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Abstract—This paper presents a new method of singing voice  To develop a system that enables a user to edit the acoustic

analysis that performs mutually-dependent singing voiceepara-  characteristics of singing voices included in a polyphanie
tion and vocal fundamental frequency (FO) estimation. VocaFO

dio signal, we need to accurately perfobuoth singing voice
separation and vocal FO estimation. The performance of each

useful for singing voice separation. This calls for an apprach task could be improved by using the results of the other be-

estimation is considered to become easier if singing voicean be

that improves the performance of each of these tasks by using cause there is a complementary relationship between tifem. |
the results of the other. The proposed method first performs o- singing voices were extracted from a polyphonic audio digna

bust principal component analysis (RPCA) for roughly extracting it would be easy to estimate a vocal FO contour from them.

of the main melody is then estimated from the separated singg Vocal FO contours are useful for improving singing voicessep

voices by finding the optimal temporal path over an FO salieng ation. In most studies, however, only thee-way dependency
spectrogram. Finally, the singing voices are separated agamore  between the two tasks has been considered. Singing voice

accurately by combining a conventional time-frequency mas separation has often been used as preprocessing for vocal FO
given by RPCA with another mask that passes only the harmonic estimation. and vice versa

In this paper we propose a novel singing voice analysis

of both singing voice separation and vocal FO estimation. T Method that performs singing voice separation and vocal FO
proposed method also outperformed all the other methods of estimation in an interdependent manner. The core component

singing voice separation submitted to an international mug of the proposed method is preliminary singing voice sejpamat

analysis competition called MIREX 2014. based on robust principal component analysis (RPCA) [5].

Index Terms—Singing voice separation, vocal FO estimation, Given the amplitude spectrogram (matrix) of a music signal,
robust principal component analysis, subharmonic summatn.  RPCA decomposes it into the sum of a low-rank matrix and
a sparse matrix. Since accompaniments such as drums and
|. INTRODUCTION rhythm guitars tend to play similar phrases repeatedly, the
INGING voice analysis is important for active music listesulting spectrogram generally has a low-rank struciree
Stening interfaces [1] that enable a user to customize tBaging voices vary significantly and continuously overdim
contents of existing music recordings in ways not limited tand the power of singing voices concentrates on harmonic

frequency equalization and tempo adjustment. Since gingipartials, on the other hand, the resulting spectrogram Imat a
voices tend to form main melodies and strongly affect tHew-rank but sparse structure. Although RPCA is considésed

moods of musical pieces, several methods have been propdsedne of the most prominent ways of singing voice separation

for editing the three major kinds of acoustic charactarsstf non-repetitive instrument sounds are inevitably assigioea
singing voices: fundamental frequencies (F0s), timbres, asparse spectrogram. To filter out such non-vocal sounds, we
volumes. A system of speech analysis and synthesis calestimate the FO contour of singing voices from the sparse
TANDEM-STRAIGHT [2], for example, decomposes humaspectrogram based on a saliency-based FO estimation method
voices into FOs, spectral envelopes (timbres), and nomdgtier called subharmonic summation (SHS) [6] and extract only a

components. High-quality FO- and/or timbre-changed siggi series of harmonic structures corresponding to the estuinat

voices can then be resynthesized by manipulating FOs &f@ks. Here we propose a novel FO saliency spectrogram in the
spectral envelopes. Ohishi al. [3] represents FO or volume time-frequency domain by leveraging the results of RPCA.

dynamics of singing voices by using a probabilistic model anThis can avoid the negative effect of accompaniment sounds

transfers those dynamics to other singing voices. Note thatvocal FO estimation.
these methods deal only with isolated singing voices. Bugih ~ Our method is similar in spirit to a recent method of singing

and Goto [4] model the spectral envelopes of singing voigesyvoice separation that combines rhythm-based and pitceebas
polyphonic audio signals to directly modify the vocal tirebr methods of singing voice separation [7]. It first estimates t

without affecting accompaniment parts. types ofsoft time-frequency masks passing only singing voices

_ , _ by using a singing voice separation method called REPET-SIM
The authors are with the Department of Intelligence Sciemoe Tech-

nology, Graduate School of Informatics, Kyoto Universigoto, Japan (e- 8] and a vocal FQ eSFimation method (originally proposed
mail:{ikemiya, itoyama, yoshji@kuis.kyoto-u.ac.jp). for multiple-FO estimation [9]). Those soft masks are then
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Polyphonic music signal harmonic structure. Salamahal. [19] proposed a heuristics-
1

o ! based method calleMELODIA that focuses on the charac-
Rhythm instruments  Non-rhythm instruments .. .
Drums | teristics of vocal FO contours. The contours of FO candilate

ghythm guitars | | are obtained by using a saliency spectrogram based on subhar
asses PR P . . . .
Melodicinstruments  Non-melodic instruments monic summation. This method achieved the state-of-the-ar
Singing voices - Stringed instruments . . .
Solo guitars - Back choruses results in vocal FO estimation.
Solo pianos -

B. Singing \Voice Separation
Fig. 1. Typical instrumental composition of popular music. A typical approach to singing voice separation is to make
integrated into a unified mask in a weighted manner. On tRe! ™ Mask that separates a target music spectrogram into a

other hand, our method is deeply linked to human perceptiécal Spectrogram and an accompaniment spectrogram. There
of a main melody in polyphonic music [10], [11]. Fig. 1 show@'® tWO types of TF masks: soft masks and binary masks. An
an instrumental composition of popular music. It is thougtfi€al binary mask assigns 1 to a TF unit if the power of singing
that humans easily recognize the sounds of rhythm instregnel{ices in the unit is larger than that of the other concurrent
such as drums and rhythm guitars [10] and that in the residt?a?lunds’ and 0 othermsg. AItholugh vocal and acc_:ompamment
sounds of non-rhythm instruments, spectral components tfgunds overlap with various ratios at many TF units, exoelle
have predominant harmonic structures are identified as mdfParation can be achieved using binary masking. This is re-
melodies [11]. The proposed method first separates the soulfied t0 @ phenomenon called auditory masking: a louderdsoun
of rhythm instruments by using a time-frequency (TF) madgnds to mask a weaker sound within a particular frequency
estimated by RPCA. Main melodies are extracted as singih@nd [20]. . . o
voices from the residual sounds by using another mask tha{\lonnegqtlve matrix fact_orlzatmn (NMF? has often be_en used
passes only predominant harmonic structures. Although 8 Separating a polyphonic spectrogram into nonnegatve-
main melodies do not always correspond to singing voice%c,memS and clusternjg those components into vocal compo-
we do not deal with vocal activity detection (VAD) in thignents ar_1d accompr_;lmment components [21]-{23]. An_oth_er ap-
paper because many promising VAD methods [12]-[14] Cém'oach is _to exploit the temporal and _spectrql c_ontlnu_lty of
be applied as pre- or post-processing of our method. accompamme_znt sounds and the sparsity of singing voices in
The rest of this paper is organized as follows. Section We TF domain [24]-[26]. Tachibare al. [24], for example,

introduces related works. Section Ill explains the propos roposgd harrr_10mc/percusswe source separation (HPSS()I ba
n the isotropic natures of harmonic and percussive sounds.

method. Section IV describes the evaluation experimends a?Bw th ¢ timated iointly vi )
the MIREX 2014 singing-voice-separation task resultstisac oth components were estimated Jointly via maximum a pos-
teriori (MAP) estimation. Fitzgeraldt al. [25] proposed an

V describes the experiments determining robust paramhmersHPSS method applying different median filters to polyphonic

the proposed method. Section VI concludes this paper. spectra along the time and frequency directions. Jesraj,
[26] statistically modeled the continuities of accompaairh
Il. RELATED WORK sounds and the sparsity of singing voices. ¥eal. [27] sepa-
rated vocal, harmonic, and percussive components by cluste

Th|§ se_ctlon !ntroduces r_elated works on vocal FO estlmath)ng frequency modulation features in an unsupervised nranne
and singing voice separation. It also reviews some studies Quanget al. [28] have recently used a deep recurrent neural
the combination of those two tasks. network for supervised singing voice separation.

Some state-of-the-art methods of singing voice separation
o focus on the repeating characteristics of accompanimeinicso
A. Vocal FO Estimation [5], [8], [29]. Accompaniment sounds are often played by

A typical approach to vocal FO estimation is to identifymusical instruments that repeat similar phrases througheu
FOs that have predominant harmonic structures by using music, such as drums and rhythm guitars. To identify repet-
FO saliency spectrogram that represents how likely the He patterns in a polyphonic audio signal, Radti al. [29]
is to exist in each time-frequency bin. A core of this aptook the median of repeated spectral segments detected by an
proach is how to estimate a saliency spectrogram [15]-[18@Jutocorrelation method, and improved the separation bygusi
Goto [15] proposed a statistical multiple-FO analyzer eghll a similarity matrix [8]. Huangt al. [5] used RPCA to identify
PreFEst that approximates an observed spectrum as a sup@petitive structures of accompaniment sounds. Liuttua.
imposition of harmonic structures. Each harmonic striectuf30] proposed kernel additive modeling that combines many
is represented as a Gaussian mixture model (GMM) and tbenventional methods and accounts for various features lik
mixing weights of GMMs corresponding to different FOs cagontinuity, smoothness, and stability over time or frequen
be regarded as a saliency spectrum. Raal. [16] tracked These methods tend to work robustly in several situations or
multiple candidates of vocal FOs including the FOs of locallgenres because they make few assumptions about the target
predominant non-vocal sounds and then identified vocal Ffignal. Driedgeset al. [31] proposed a cascading method that
by focusing on the temporal instability of vocal componentfirst decomposes a music spectrogram into harmonic, percus-
Dressler [17] attempted to reduce the number of possible ovsive, and residual spectrograms, each of which is further de
tones by identifying which overtones are derived from a Yocaomposed into partial components of singing voices andethos



of accompaniment sounds by using conventional methods [28] Polyphonic music signal
[32]. Finally, the estimated components are reassembled tc

form singing voices and accompaniment sounds. I
STFT
¥

Polyphonic music

C. One-way or Mutual Combination

spectrogram
Since singing voice sepgranon and vocal FO estimation have RPCA RPCA
complementary relationships, the performance of eachdaisk o EEEe
be improved by using the results of the other. Some vocal FO l 1

estimation methods use singing voice separation techsigsie RPCA mask
preprocessing for reducing the negative effect of accompan S e
ment sounds in polyphonic music [24], [29], [33], [34]. This
approach results in comparatively better performance wihen

RPCA mask

volume of singing voices is relatively low [35]. Some metkod FO contour
of singing voice separation use vocal FO estimation teafesq __ Vocal FO
because the energy of a singing voice is concentrated on an Fi | Estimation

Singing voice
spectrogram

Accompaniment
spectrogram

and its harmonic partials [32], [36], [37]. Virtane al. [32]

proposed a method that first separates harmonic component
using a predominant FO contour. The residual components |- ="
are then modeled by NMF and accompaniment sounds are ‘===

Integrated mask

extracted. Singing voices and accompaniment sounds are sey iSTET iS'II'FT
arated by using the learned parameters again. } }
Some methods perform both vocal FO estimation and singing Singing voice Accompaniment

voice separation. Hset al. [38] proposed a tandem algo- signal signal

rithm that iterates these two tasks. Durrieual. [39] used
source.-fllter NMF for directly mo_dellng the FOs an(_j_ t'mbreﬁig. 2. Overview of the proposed method. First an RPCA maakghparates
of singing voices and accompaniment sounds. Rafil. [7] low-rank components in a polyphonic spectrogram is contpufeom this
proposed a framework that combines repetition-based souffgask and the original spectrogram, a vocal FO contour ies#d. The RPCA

. . . - mask and the harmonic mask calculated from the FO contowaandined by
sepa_ra'u_on W'th_ FO-based S_0ur(_:e sepa_ratlon. A un'f'e_d T'Rm%ltiplication, and finally the singing voice and the accamiment sounds
for singing voice separation is obtained by combining th®e separated using the integrated mask.
TF masks estimated by the two types of source separation
in a weighted manner. Cabanas-Molegtoal. [40] proposed A. Snging Voice Separation
a method that roughly separates singing voices from stereqocal and accompaniment sounds are separated by combin-
recordings by focusing on the spatial diversity (calesh- jng TF masks based on RPCA and vocal FOs.
ter extraction) and then estimates a vocal FO contour for the 1) Calculating an RPCA Mask: A singing voice separation
separated voices. The separation of singing voices is€urthyethod based on RPCA [5] assumes that accompaniment and

improved by using the FO contour. vocal components tend to have low-rank and sparse strisgture
respectively, in the TF domain. Since spectra of harmonic
I1l. PROPOSEDMETHOD instruments €g., pianos and guitars) are consistent for each

. o . FO and the FOs are basically discretized at a semitone level,

The proposed method jointly executes singing voice SeR@smonic spectra having the same shape appear repeatedly in
ration and vocal FO estimation (Fig. 2). Our method uses Iye same musical piece. Spectra of non-harmonic instrsnent
bust principal component analysis (RPCA) to estimate a ma§<g drums) also tend to appear repeatedly. Vocal spectra, in
(called an RPCA mask) that separates a target music SpeCiGhirast, rarely have the same shape because the vocagsimbr

gram into low-rank components and sparse components. They Fos vary continuously and significantly over time.
vocal FO contour is then estimated from the separated sparsgpca decomposes an input matrX into the sum of a

components via Viterbi search on an FO saliency spectrografly-rank matrix X, and a sparse matriX g by solving the
resulting in another mask (called a harmonic mask) that'se%‘llowing convex optimization problem:

rates harmonic components of the estimated FO contoureThes

masks are integrated via element-wise multiplication, ind minimize || X ||. + A Xs|1 (subject to X1, + X = X)),

nally singing voices and accompaniment sounds are obtained A

by separating the music spectrogram according to the inte- = \/W’ 1)
grated mask. The proposed method can work well for com- ’

plicated music audio signals. Even if the volume of singinghereX, X, andXs € RT*¥ ||.||. and||-||; represent the
voices is relatively low and music audio signals containows nuclear norm (also known as the trace norm) and the L1-norm,
kinds of musical instruments, the harmonic structures)B0s respectively\ is a positive parameter that controls the balance
singing voices can be discovered by calculating an FO salierbetween the low-rankness & and the sparsity oXs. To
spectrogram from an RPCA mask. find optimal X, and X g, we use an efficient inexact version

P



of the augmented Lagrange multiplier (ALM) algorithm [41].
When X is the amplitude spectrogram given by the short-
time Fourier transform (STFT) of a target music audio signal
(T is the number of frames anfd is the number of frequency
bins), the spectral components having repetitive strestare
assigned toX 7, and the other varying components are assigned \ . ) \
to Xgs. Lett and f be a time frame and a frequency bin, T T Threa, e T T THrea,

RPCA mask

Separated spectrogram

respectlvely(( <t <Tandl < f < F). We ebtaln aTF ‘ A_Weightingfunctioﬂ Discrete Fourier transform

soft maskMRPCAeRTXF by using Wiener filtering: Ty T |
Subharmonic summation Correspondence
Xs(t, f

MEL( ) = s T) @ ' '

|XS (t f)| + |XL (t f)| SHS spectrogram FO enhancement spectrogram

A TF binary maskM. %), € RT*F s also obtained by com- L\ A Ll A Lﬁgf,ég_‘ Wﬂj
paring X with X g in an element-wise manner as follows: FO saliency spectrogram J

(b) _ [ 1t [Xs(t )l > X £ L
MRPCA(tv f) - { 0 Otherwise . (3)

The gainy adjusts the energy between the low-rank and sparse
matrices. In this paper the gain parameter is set to 1.0,lwhic

was reeo)rted to achieve gOOd separatlon performance [5@ N9|g 3. An FO-saliency spectrogram is obtained by integgatin SHS spec-
that MRF.CA is used only for estimating a vocal FO contour inrogram derived from a separated vocal spectrogram withGaenfiancement
Section 111-B. spectrogram derived from an RPCA mask.

. (s) (b) (%)
RTLiﬂnigs Jr\gagaI;regggqge;hzs\;%ﬁilwzpewogranXVOCAL € Furthermore, an integrated binary mdméfc)w is also defined

as:

* * H (5)
X\EogAL = MFEPgAQ X7 (4) t 1 if MRF'CA+H(t7 .f) > 0.5 7
Mirzun(t: ) = 0 otherwise Y
where @ indicates the element-wise product. If the value o

Ithough the integrated masks have fewer spectral units as-
A for smgmg voice separation is different from that for F g g P

signed to singing voices than the RPCA mask and the har-
%OI‘IIC mask do, they provide better separation quality (see
Pe comparative results reported in Section V).
Using the integrated masIdMRPWH, the vocal and accom-
(%) (%)
paniment spectrogramX ., and Xa... are given by

values of A (Fig. 2). If we were to use the same value Jof
for both processes, RPCA would be executed only once.
section V we discuss the optimal values ofn detail.

2) Calculating a Harmonic Mask: Using a vocal FO con-
tour Y = {Y1,92, - ,yr} (see details in Section IlI-B), we XV(;QAL = MFEJC)MH@ X,

make a harmonic mas®Z, € RT*F. Assuming that the (%) (%)
. A . . X ACCOM — X XVOCAL' (8)
energy of vocal spectra is localized on the harmonic partial
of vocal FOs, we definedZ, ¢ RT*F as: Finally, time signals (waveforms) of singing voices andaamne
. paniment sounds are resynthesized by computing the inverse
0<f—-wi<W, STFT with the phases of the original music spectrogram.
w(n; W) if it = f(nhy, = 5),
M(t. f) = 7 wy = f(nhy, +3), (®)  B. \Vocal FO Estimation
W =uw]—w]+1, .
0 otherwise ~We propose a new method that estimates a vocal FO contour
Y = {v1, - ,yr} from the vocal spectrogra@t’v(é“c)AL by us-

wherew(n; W) denotes the:-th value of a window function ing the binary maski\/[éfc)A. A robust FO-saliency spectrogram
of length, f(h) denotes the index of the nearest time framig obtained by using botﬁ(v(é’c)AL and MFEE’C)A and a vocal FO
corresponding to a frequendy [Hz], n is the index of a contour is estimated by finding an optimal path in the sajienc
harmonic partialw is a frequency width [Hz] for extracting spectrogram with the Viterbi search algorithm.
the energy around the partidly;, is the estimated vocal FO 1) Calculating a Log-frequency Spectrogram: We convert
[Hz] of frame¢. We chose the Tukey window whose a shapge vocal spectrogran;i(v(oc)AL € RTXF to the log-frequency
parameter is set to 0.5 as a window function. spectrogramX/,.,, € RT*C by using spline interpolation on

3) Integrating the Two Masksfor Singmg Voice Separation:  the dB scale. A frequencl; [Hz] is translated to the index
Given the RPCA mask (sofM.s), and the harmonic mask of a log-frequency birc (1 < ¢ < C) as follows:
M, we define an integrated soft masWRF.CA+H as follows: {1200 log, hl N 1J

c= | —— ,

p

. . 9)
MFSP():A-*H = FEPgA O] MH- (6)



where hy.,, is a predefined lowest frequency [Hz] apda TABLE |I

frequency resolution [cents] per bin. The frequehgy, must SONG CLIPS INMedigyDB USED FOR EVALUATION.
be sufficiently low to include the low end of a singing voice Y
] rtists  Songs
spectrum |(-_e-, 30 Hz). _ _ _ A Classic Education  Night Ow
To take into account the non-linearity of human auditory Aimee Norwich  Child
; ; “weinhti ; Alexander Ross  Velvet Curtain
perception, we mult|ply( l;[)he.A weighting functlloR{,( f) to Auctioneer Our Futire Faces
the vocal spectrogranXyoc,. in advance R4 (f) is given by Ava Luna  Waterduct
914 Big Troubles  Phantom
12200°h% Brandon Webster ~ Dont Hear A Thing, Yes Sir | Can Fly
RA(f) = (h? 750 62)(h§» T 122002) Clara Berry And Wooldog vAir Traffic, Boys, Stella, Waltz ForyM
’ ictims
1 Creepoid  Old Tree
X . (10) Dreamers Of The Ghetto  Heavy Love
\/(h? +107.72)(h% 4 737.9%) Faces On Film  Waiting For Ga
’ Family Band  Again
This function is a rough approximation of the inverse of the HH6|?(Q0hNJegf0 '\Qtad De('j"{'{““dto
. I ezekial ones orrowe ear
40-phon equal-loudness cutvand is used for ampl|_f_y|ng the Hop Along  Sister Cities
frequency bands that we are perceptually sensitive to, and Invisible Familiars  Disturbing Wildlife
attenuating the frequency bands that we are less sengitive t Liz Nelson  Coldwar, Rainfall
[19] Matthew Entwistle  Dont You Ever
: . . . Meaxic  Take A Step, You Listen
2) Calculating an FO-Saliency Spectrogram: Fig. 3 shows Music Delta  80s Rock, Beatles, Britpop, Countryl,
the procedure of calculating an FO-Saliency spectrogram. W Country2, Disco, Gospel, Grunge, Hen-
. . drix, Punk, Reggae, Rock, Rockabilly
calculate a subharmonic summation (SHS) spectrogfage Night Panther  Fire
RT*¢ from the tentative vocal spectrograki/,., € R7*¢ Port St Willow ~ Stay Even
in the log-frequency domain. SHS [6] is the most basic and SeCfgtt MOUT(‘:tIai”kS ;ightyorse
. . . . - even arl oun
light-weight algorithm that u_nderlles many vocal FO estiioa Strand Of Oaks ~ Spacestation
methods [19], [42].Ss:s iS given by Sweet Lights  You Let Me Down

The Scarlet Brand Les Fleurs Du Mal

N
1200 logy n
Ses(t,€) = > BnXloeu (t, c+ {%D . (11)
=t Finally, the reliable FO-saliency spectrogranc R7*¢ is

wherec is the index of a log-frequency bin € ¢ < C), N'is  given by integratingSs.s and Secs as follows:
the number of harmonic partials considered, @nds a decay
factor (0.86"~! in this paper). S(t, c) = Ssus(t, €) Sreca(t; €)%, (14)
We then calculate an FO enhancement spectrogfam € h ; oo —
RTXC from the RPCA maskV.... To improve the perfor- where « is a weighting factqr for adjugtlpg the balanc_e be-
RPCA P P tween Sgys and Sgech. Whena is 0, Sgeca is ignored, resulting

mance.of VOC‘?‘I FO estimation, We propose to focus on tkﬂ?the standard SHS method. While each binSafs reflects
regularity (periodicity) of harmonic partials over the dar the total volume of harmonic partials, each binSf., reflects
frequency axis. The RPCA binary mag.., can be used the number of harmonic partials ’ A

for reducing half or double pitch errors because the harmoni 3) Executing Viterbi Search: Givén the FO-saliency spectro-

structure of the singing voice strongly appears in it. . . - . .
. ) . ramsS, we estimate the optimal FO contour = S
We first take the discrete Fourier transform (DFT) of eac%u P {mn yr}

time frame of the binary mask as follows: y solving the following problem:
T-1

— ¥ S(t ’l/t)
F—1 ox Y = argmax log =2 4+ log G(ys,y :
F(t,k) = E MFSFI.)C)A(t,f)efﬁﬁf . (12) argma ; Ec,;q S(t, o) (Yts Yet1)
o (15)

This idea is similar to the cepstral analysis that extraleés twherec; andc;, are the lowest and highest log-frequency bins
periodicity of harmonic partials from log-power spectree @b  of an FO search rang€:(y:, y:+1) is the transition cost func-
not need to compute the log of the RPCA binary mask becauggh from the current FQ;; to the next FOy; 1. G(vt, yer1)
Meocn € {0,1}7%F. The FO enhancement spectrogr&mc, is defined as

is obtained by picking the value corresponding to a frequenc 1 ey, — Cyas |
index ¢: G(Yt, Yr41) = 27 &XP (— = 7 e ) (16)
hy
Sepen(t,c) = F [ t, | —21 ], 13 2 -
recalt ) ( { he D 13) whereb = (/5= andc, indicates the log-frequency [cents]

whereh. is the frequency [Hz] corresponding to log-frequenc§rreésponding to log-frequency bin This function is equiv-

bin ¢ andhy,,, is the highest frequency [Hz] considered (Nyquidlent to the Laplace distribution whose standard deviason
frequency). 150 [cents]. Note that the shifting interval of time frames i

10 [ms]. This optimization problem can be efficiently solved
Lhttp://replaygain.hydrogenaud.ioproposalegimidness.html using the Viterbi search algorithm.



TABLE |
DATASETS AND PARAMETERS

Number of clips  Length of clips  Sampling rate  Window size sEi@ap N A w «a
MIR-1K 110 20-110 sec 16 kHz 2048 160 10 0.8 50 06
MedleyDB 45 17-514 sec 44.1 kHz 4096 441 20 08 70 06
RWC-MDB-2001 100 125-365 sec 44.1 kHz 4096 441 20 08 70 06
IV. EXPERIMENTAL EVALUATION accompaniment spectrograms were obtained (the upper bound

Lﬁéseparation quality of TF masking methods). For H, RPCA-

This section reports experiments conducted for evaluati q h ) ¢ | S
singing voice separation and vocal FO estimation. The tesul -5 and RPCA-H-B, the accuracies of vocal F0 estimation are

of the Singing Voice Separation task of MIREX 2014, which described in Section IV-B.
is a world-wide competition between algorithms for music 3) Evaluation Measures: TheBSS EVAL toolbox’ [44] was

analysis, are also shown. used for measuring the separation performance. The pkncip
of BSS EVAL is to decompose an estimateof a true source
o _ _ signal s as follows:

A. Singing Voice Separation

Singing voice separation using different binary masks was 3(t) = Starget (t) + €intert (t) + €noise () + €arsit(t),  (17)
evaluated to verify the effectiveness of the proposed nietho

1) Datasets and Parameters: The MIR-1K datasét(MIR- Wheres;a.q is an allowed distortion of the target sourcand
1K) and the MedleyDB dataseMedieyDB) [43] were used Cinterts €noise @Ndeatis are respectively the interference of the
for evaluating singing voice separation. Note that we uségiwanted sources, perturbing noise, and artifacts in tpe se
the 110 “Undivided” song clips of MIR-1K and the 45 clipsarated signals (such as musical noise). Since we assume that
of MedleyDB listed in Table Il. The clips in MIR-1K were an original signal consists of only vocal and accompaniment
recorded at a 16 kHz sampling rate with 16 bit resolution arf@unds, the perturbing nois,is. was ignored. Given the
the clips in MedleyDB were recorded at a 44.1 kHz samplir@ecomposition, three performance measures are defined: the
rate with 16 bit resolution. For each clip in both dataset§ource-to-Distortion Ratio (SDR), the Source-to-Intesfee
singing voices and accompaniment sounds were mixed at thR&{io (SIR) and the Source-to-Artifacts Ratio (SAR):
signal-to-noise ratios (SNR) conditions5, 0, and 5 dB. )

The datasets and the parameters used for evaluation are SDR(3, 5) := 10logy, (M» (18)
summarized in Table I, where the parameters for computing l[€intert + €artit]|?
the STFT (window size and hopsize), SHS (the numieof
harmonic partials), RPCA (a sparsity factd), a harmonic
mask (frequency widthw), and a saliency spectrogram (a L | Starget + €intert||?
weighting factora) are listed. We empirically determined the SAR(3, s) := 101og;g ( eartit][2 ) ) (20)
parametersy and A according to the results of grid search (see o
details in Section V). The same value b{0.8) was used for where| - || denotes a Euclidean norm. We then calculated the
both RPCA computations in Fig.2. The frequency range fdformalized SDR (NSDR) that measures the improvement of

2
SIR(3, s) := 10logy (7""2?1“;"'2) : (19)

the vocal FO search was restricted to 80-720 Hz. the SDR between the estimatef a target source signaland
2) Compared Methods: The following binary masks were the original mixturez. To measure the overall separation per-
compared. formance we calculated the Global NSDR (GNSDR), which
RPCA: Using only an RPCA soft masRZ.:), is a weighted mean of the NSDRs over all the mixturgs
H: Using only a harmonic mask4, (weighted by their lengtfd):

RPCA-H-S: Using an integrated soft masMéng

RPCA-H-B: Using an integrated binary maskl\%, .. NSDR(8, s,2) = SDR(8, s) — SPR(% $), (21)
RPCA-H-GT: Using an integrated soft mask made by using GNSDR — 2ok WNSDR (3, s, 2k) (22)
a ground-truth FO contour Dok lk '

ISM: Using an ideal soft mask

“RPCA’ is a conventional RPCA-based method [5]. “H”
used only a harmonic mask created from an estimated FO ¢ . ) .
tour. “RPCA-H-S” and “RPCA-H-B” represent the propose ese ratios, higher values represent better separatialityqu
methods using soft masks and binary masks, respectivaly, an>nce this paper does not deal with the VAD and we in-
“RPCA-H-GT" means a condition that the ground-truth vocdfnded to examine the effect of the harmonic mask for vocal
FOs were given (the upper bound of separation quality for tff§Paration, we used only the voiced sections for evaluation
proposed framework). “ISM” represents a condition thattera that is to say, the amplltude_ of the signals in unvoiced easti
TF masks were estimated such that the ground-truth vocal igs setto 0 when calculating the evaluation scores.

In the same way, the Global SIR (GSIR) and the Global SAR
SAR) were calculated from the SIRs and the SARs. For all

2https://sites.google.com/site/unvoicedsoundsemaratir-1k Shttp://bass-db.gforge.inria.fr/hssval/
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Fig. 4. Comparative results of singing voice separatiomgisiifferent binary masks. The upper section shows the teefol MIR-1K and the lower section
for MedleyDB. From left to right, the results for mixing cadtidns at SNRs of—5, 0, and 5 dB are shown. The evaluation values of “ISM” areresged
with letters in order to make the graphs more readable.
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Fig. 5. An example of singing voice separation by the progasethod. The results of “Coldwar / LizNelson” in MedleyDBxad at a—5 dB SNR are shown.
From left to right, an original singing voice, an originalcampaniment sound, a mixed sound, a separated singing, \aicea separated accompaniment
sound are shown. The upper figures are spectrograms obtaynestking the STFT and the lower figures are resynthesized $ignals.

4) Experimental Results: Fig. 4 shows the evaluation re-
sults. In spite of FO estimation errors, the proposed method Fig. 5 shows an example of an output of singing voice
using soft masks (RPCA-H-S) and those using binary masksparation by the proposed method. We can see that vocal
(RPCA-H-B) outperformed both RPCA and H in GNSDR foand accompaniment sounds were sufficiently separated from
all datasets. This indicates that combining an RPCA mask aadnixed signal even though the volume level of vocal sounds
a harmonic mask is effective for improving the separatiowas lower than that of accompaniment sounds.
quality of singing voices and accompaniment sounds. The
removal of the spectra of non-repeating instrumeats,(bass o
guitar) significantly improved the separation quality. RRC B- Vocal FO Estimation
H-S outperformed RPCA-H-B in GNSDR, GSAR, and GSIR We compared the vocal FO estimation of the proposed method
of the singing voice. On the other hand, RPCA-H-B outpetvith conventional methods.
formed RPCA-H-S in GSIR of the accompaniment and H 1) Datasets: MIR-1K, MedleyDB, and the RWC Music
outperformed both RPCA-H-B and RPCA-H-S. This indicatenatabase RWC-MDB-P-2001) [45] were used for evaluating
that a harmonic mask is useful for singing voice suppressiafbcal FO estimation. RWC-MDB-P-2001 contains 100 song



TABLE Il
EXPERIMENTAL RESULTS FOR VOCALFO ESTIMATION (AVERAGE ACCURACY [%] OVER ALL CLIPS IN EACH DATASET).

PreFEst-V MELODIA-V MELODIA Proposed
Database SNR [dB] w/o RPCA w/RPCA w/o RPCA w/RPCA w/o RPCA w/ RPCA
-5 36.45 42.99 53.48 60.69 54.37 59.50 57.78
MIR-1K 0 50.70 56.15 76.88 80.90 78.09 79.91 75.48
5 63.77 66.32 88.87 90.26 88.89 89.33 85.42
original mix 70.83 72.25 70.69 74.93 71.24 73.40  81.90
MedlevDB -5 71.82 72.72 72.05 76.75 74.56 7532  82.68
y 0 80.91 81.02 86.59 89.20 87.34 87.54 90.31
5 86.39 85.41 92.63 93.93 93.08 92.50 93.15
RWC-MDB-P-2001 69.81 71.71 67.79 71.64 69.89 70.30  80.84
Average of all datasets 66.24 68.57 76.12 79.79 77.18 78.48  80.95
clips of popular music which were recorded at a 44.1 kHz TABLE IV
sampling rate with 16 bit resolution. The dataset contaibis 2 PARAMETER SETTINGS FORMIREX2014.
songs with English lyrics performed in the style of American Window sze _Hopsze ¥ w
popular music in the 1980s and 80 songs with Japanese lyrics my1 4096 441 15 1.0 100
performed in the style of Japanese popular music in the 1990s Y2 4096 441 15 0.8 100
2) Compared Methods: The following four methods were
compared. accuracy. With MedleyDB and RWC-MDB-P-2001 the pro-

PreFEst-V: PreFEst (saliency spectrogram) + Viterbi segrobed method significantly outperformed the other methods,
MELODIA-V : MELODIA (saliency spectrogram) + Viterbi while the performance of MELODIA-V and MELODIA were

search better than that of the proposed method with MIR-1K. This
MELODIA : The original MELODIA algorithm might be due to the different instrumentation of songs idetl
Proposed FO-saliency spectrogram + Viterliroposed in each dataset. Most clips in MedleyDB and RWC-MDB-P-
method) 2001 contain the sounds of many kinds of musical instruments

PreFEst [15] is a statistical multi-FO analyzer that is stillWhereas most clips in MIR-1K contain the sounds of only a
considered to be competitive for vocal FO estimation. Alilo  SMall number of musical instruments.

PreFEst contains three processes —RneFEst-front-end for These results are originated from the characteristics @f th
frequency analysis, th@reFEst-core computing a saliency proposed method. In vocal FO estimation, the spectral gierio

spectrogram, and thBreFEst-back-end that tracks FO con- ity of an RPCA binary mask is used to enhance vocal spectra.

tours using multiple agents —we used only fPreFEst-core The harmonic structures of singing voices appear clgamtlén

and estimated FO contours by using the Viterbi search d@PCA mask when music audio signals contain various kinds

scribed in Section 11I-B3 (“PreFEst-V’MELODIA is a state- of repetitive musical instrument sounds. The proposed atkth

of-the-art algorithm for vocal FO estimation that focusediee therefore works well especially for songs of particular igsn

characteristics of vocal FO contours. We applied the Viter§Uch asrock and pops.

search to a saliency spectrogram derived from MELODIA

(“MELODIA-V") and also tested the original MELODIA al- C. MIREX2014

gorithm (“MELODIA). In this experiment we used the MELO- We submitted our algorithm to tH&nging Voice Separation

DIA implementation provided as a vamp plugtin task of the Music Information Retrieval Evaluation eXchang
Singing voice separation based on RPCA [5] was appliéWIREX) 2014, which is a community-based framework for

before computing conventional methods as preprocessimg (‘the formal evaluation of analysis algorithms. Since theskets

RPCA’ in Table IIl). We investigated the effectiveness of thare not freely distributed to the participants, MIREX pres

proposed method in conjunction with preprocessing of siggi meaningful and fair scientific evaluations.

voice separation. There is some difference between our submission for MIREX
3) Evaluation Measures: We measured the raw pitch accu-?md the algorithm described in this paper. The major _diﬁeee

racy (RPA) defined as the ratio of the number of frames I that only an SHS spectrogram (with the exception of an

which correct vocal FOs were detected to the total number '6¢ €nhancement spectrogram in Section 11I-B2) was used as a

voiced frames. An estimated value was considered correcf#i€ncy spectrogram in the submission. Instead a simpialvo

the difference between it and the ground-truth FO was 50sceftivity detection (VAD) method based on an energy threshol
(half a semitone) or less. was used after singing voice separation.

4) Experimental Results: Table Il shows the experimental 1) Dataset 190 monaur_al chps_of Pop MusIC recorded at
.1-kHz sampling rate with 16-bit resolution were used for

results of vocal FO estimation, where each value is an aeeré%aluation The duration of each clio was 30 seconds
accuracy over all clips. The results show that the proposg ) Comy .ared Methods 11 submisgions articipated i.n the
method achieved the best performance in terms of avere%ggk5 ThepsubmissionBIKH81 HKHS2 angHKHgs are al-

4http://mtg.upf.edu/technologies/melodia Swww.music-ir.org/mirex/wiki/2014:Singingvoice_SeparationResults
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Fig. 6. Results of th&nging Voice Separation task in MIREX2014. The circles, error bars, and red valugsesent means, standard deviations, and medians
for all song clips, respectively.

gorithms using deep recurrent neural networks [X81 sep- A. Singing Voice Separation

arates singing voices by clustering modulation featur&g. [2 . - .
RP1 is the REPET-SIM algorithm that identifies repetitive The parameters andu_; affect the quality of singing voice
structures in polyphonic music by using a similarity maféik s_eparanon)\ is th_e sparsity factor o_f RPCA descrlbed_ in Sec-
GW1 uses Bayesian NMF to model a polyphonic spectrograltlll?n ”!'Al "J!”d Iy |s_the frequency width of the harmonic mask
and clusters the learned bases based on acoustic featB}es;fSC”bed in Section lll-A2. The param_eterpan be useq
JL1 uses the temporal and spectral discontinuity of singi trade off the r:_;mk of a low-rank m_atr_|x with the Sp"?“s"y
voices [26], andLFR1 uses light kernel additive modeling a sparse matrix. The sparse matrix 1S sparser whes
based on the algorithm in [30RNAL first estimates predom- larger and is less sparse wheitis smaller. Whenw is smaller,

inant FOs and then reconstructs an isolated vocal signalolbagew.er spectrallbln_s aroqnd an F.O {;\nd its harmonic .pgrtmls ar
on harmonic sinusoidal modeling using estimated FD&L assigned as singing voices. This is the recall-precisiadetr

and IlY2 are our submissions. The only difference betwe(?%{cf of singing voice separation. To examine the relatiopshi

IIY1 and IIY2 is their parameters. The parameters for bo e_tween)\ anc_i w, we evalu_ateq the performance of singing
submissions are listed in Table IV. voice separation for combinations of from 0.6 to 1.2 in

3) Evaluation Results: Fig. 6 shows the evaluation resultStePs of 0.1 andv from 20 to 90 in steps of 10.
for all submissions. Our submissions (IlY1 and 11Y2) pro- 1) Experimental Conditions: MIR-1K was used for evalu-
vided the best mean NSDR for both vocal and accompa@iion at three mixing conditions with SNRs ef5, 0, and 5
ment sounds. Even though the submissions using the propodBd In this experiment, a harmonic mask was created using a
method outperformed the state-of-the-art methods in MIRES{ound-truth FO contour to examine only the effects\aind
2014, there is still room for improving their performancas. w- GNSDRs were calculated for each parameter combination.
described in Section V-A, the robust range for the parameter2) Experimental Results: Fig. 7 shows the overall perfor-
w is from 40 to 60. We set the parameter to 100 in the subrance for all parameter combinations. Each unit on a grid
missions, however, and that must have considerably redu¢egresents the GNSDR value. It was shown thatom 0.6
the sound quality of both separated vocal and accompanimntl.0 andw from 40 to 60 provided robust performance in
sounds. all mixing conditions. In the—5 dB mixing condition, an
integrated mask performed better for both of the singingeoi
V. PARAMETER TUNING and the accompaniment whenwas smaller. This was because
In this section we discuss the effects of parameters thabst singing voice spectra were covered by accompaniment
determine the performances of singing voice separation aspkctra and only few singing voice spectra were dominant
vocal FO estimation. around an FO and harmonic partials in the condition.
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—5dB SNR Raw pitch accuracy [%]

GNSDRs for the singing voice GNSDRs for the accompaniment 11 R " 80.8
: 80.0
1.2 9.75 6.00 1.0 79.2
1.1 9.50 .8
1.0l 9.25 ;73 ~< 0.9 ;32
9.00 5.55 ’
~ oal o7s 540 0.8 76.8
-Or 8.50 X
0.7¢ 8.25 ziz 0.7 76.0
0.6/ 8.00 4.95 0.6 75.2
20 30 40 50 60 70 80 90 20 30 40 50 60 70 80 90 0.002040608101.21.41.61.82.0
w w

(67

0 dB SNR

GNSDRs for the singing voice  GNSDRs for the accompaniment iy g Experimental results of grid search for vocal FOreation. The mean

1.2 8.25 1.2 8.4 raw pitch accuracy for RWC-MDB-P-2001 is shown in each uhighter
1'1 8.10 1'1 8.1 values represent better accuracy.
. 7.95 ) 7.8
1.0

1.0 280 75
~< 0.9 ~< 0.9 75

0.8 708 0.8 6o VI. CONCLUSION

7.50
0.7 0.7 66 ) . o .
0.6 7 06 63 This paper described a method that performs singing voice

203040 50 60 70 80 90 20 30 40 50 60 70 80 90 separation and vocal FO estimation in a mutually-dependent
v w manner. The experimental results showed that the proposed
5 dB SNR method achieves better singing voice separation and vdral F

GNSDRs for the singing voice  GNSDRs for the accompaniment ~ estimation than conventional methods do. The singing voice

60 separation of the proposed method was also better thanfthat o

1.2 1.2 p p p
11 " 1 °  several state-of-the-art methods in MIREX 2014, which is an
1.0 51 1.0 2 international competition in music analysis. In the expenmts

~< 8: v gz =« on vocal FO estimation, the proposed method outperformed
07 a2 07 . two conventional methods that are considered to achieve the
06 » 06 72 state-of-the-art performance. Some parameters of theopeap

20 30 40 50 60 70 80 90 2030 40 50 60 70 80 90 method significantly affect the performances of singingceoi
w w separation and vocal FO estimation, and we found that a par-
Fig. 7. Experimental results of grid search for singing eo&eparation. ticular range _Of th9se pgrameters results in relativelydgoo
GNSDR for MIR-1K is shown in each unit. From top to bottom, tesults Pperformance in various situations.
]?f _r?' 0, and 5 dB SNRdC?]“dit,iOr:‘Sf_are Sh?Wn-hThe left figures Sh‘s‘ﬂ'“}ﬂi‘ We plan to integrate singing voice separation and vocal FO
or the singing voice and the right figures for the music agcaniment. In . . . Y .
all parts of this figure, lighter values represent betteultss estimation in a unified framework' S_'nce the proposed methOd
performs these tasks in a cascading manner, separation and
B. Vocal FO Egtimation es_timation errors are accumulated: _One_pro_mising way_tcesol
this problem is to formulate a unified likelihood function to
The parameters, and o affect the accuracy of vocal FOpe maximized by interpreting the proposed method from a
estimation. A is the sparsity factor of RPCA and is the ;e\ naint of probabilistic modeling. To discriminate sing
weight parameter for computing the FO-saliency spectragrg,gices from musical instrument sounds that have sparse and
described in Section IlI-B2x determines the balance betwee'r"lon-repetitive structures in the TF domain like singingoesi
an SHS spectrogram and an FO enhancement spectrogram 8y ttempt to focus on both the structural and timbral char-
FO-saliency spectrogram, and there must be range of it® Valiteristics of singing voices as in [35]. It is also impottm
that provides robust performance. We evaluated the acguragqyct subjective evaluation to investigate the relatigps

of singing voice separation for combinations)ofrom 0.6 t0 patveen the conventional measures (SDR, SIR, and SAR) and
1.1 in steps of 0.1 and from O to 2.0 in steps of 0.2. RWC- 4 perceptual quality.

MDB-P-2001 was used for evaluation, and RPA was measured
for each parameter combination.
Fig. 8 shows the overall performance for all parameter com- ACKNOWLEDGMENT
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