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Abstract

The classical sampling Nyquist-Shannon-Kotelnikov tle@ostates that a band-limited contin-
uous time function is uniquely defined by infinite two-sidednpling series taken with a sufficient
frequency. The paper shows that these band-limited fumetidiows an arbitrarily close uniform
approximation by functions that are uniquely defined byrtegtremely sparse subsamples repre-
senting arbitrarily small fractions of one-sided equigiigtsample series with fixed oversampling
parameter. In particular, for an arbitrarily large an arbitrarily small adjustment of a band-limited
underlying function makes redundapt. — 1) members of any sequence of members of the
sample. This allows to bypass, in a certain sense, thea#strion the sampling rate defined by
the critical Nyquist rate. Application of this approach tom general non-bandlimited functions
allows to approximate them by functions that are recoverfibim equidistant samples with arbi-
trarily large distance between sampling points.
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1 Introduction
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The paper suggests a modification of the classical samgtiegrém that is also known as Nyquist-
Shannon theorem, Nyquist-Shannon-Kotelnikov theorem jttdker-Shannon-Kotelnikov theorem,

Whittaker-Nyquist-Kotelnikov-Shannon theorem, whicloise of the most basic results in the theory
of signal processing and information science. This resak wbtained independently by four authors
[21,11/10} 14]. The theorem states that any band-limitedtfan can be uniquely recovered without
error from a infinite two-sided equidistant sampling seqaciaken with sufficient frequency: the sam-
pling rate must be at least twice the maximum frequency pteéséhe signal (the critical Nyquist rate).
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Larger is the support for frequency, more frequent sampbngequired. Therefore, if the sampling
rate is preselected, then it is impossible to approximatenation of a general type by a band-limited
function that is uniquely defined by its sample with this gigampling rate. This principle defines the
choice of the sampling rate in almost all signal processimgogols; as far as we know, nobody even
considered yet a possibility to bypass it. Numerous exterssof this theorem were obtained, including
the case of nonuniform sampling and restoration of the $igiith mixed samples; see some recent
literature review in[1,/8, 17, 19, 22]. There were many watksoted to reducing the set of sampling
points required for restoration of the underlying funcsoim particular, it is known that a bandlimited
function can be recovered without error from an oversamgpliample sequence if a finite number of
sample values is unknown. It is known [18] that the functiam be recovered without error with a
missing one-sided half of any oversampling sample sequénisealso known|[7] that the function can
be recovered without error with a missing equidistant itdisubsequence consistent:ofi member of
the original sample sequence, i.e. that eatthmember is redundant, under some additional constraints
on the oversampling parameter. The constraints are sutththaversampling parameter is increasing
if n > 2 is decreasing.

The present paper readdress the problem of reducing thdesaequired for reconstruction of the
underlying continuous time band-limited function. It appethat analysis of the degeneracy of the
classical frequency characteristic such as Z-transforth RRT is insufficient for overcoming these
restrictions.

To solve the problem, we suggest to use some toughened eswnis to the degeneracy for se-
qguences, i.e. some augmented type of spectrum degeneraggfeences such that, for a given integer
m > 0, the processes € /5, featuring this degeneracy, must have the following prioger

(i) Z can be recovered from a subsamp(&m);
(ii) these processes are densédni.e. they can approximate anyc /5.

Let us describe briefly introduced below classes of prosesith these properties. Fore /5, we con-
struct processes; = Mz, whereM, : £5 — (5 are special mappings representing certain alterations
of z such as insertion of new termg,= 1,...,m. In addition, we selected1,; such that processes
zq(t) = z(t) for t < 0 and thatr andx, be reconstructed from each other. We accepted that a pro-
cesse features degeneracy of the spectrum in the augmented seallsprocesses:; have degenerate
spectrums simultaneously. Detailed description of of ntagmM ; is given in Sectiof]2 below. Using
this construction, we show that an arbitrarily small adjustt of a band-limited underlying function
makes redundaritn — 1) members of any subsequencenoimembers from an one-sided equidistant
sample (Theorein] 3). This can be selected arbitrarily large, without increasing afreampling pa-



rameter for the underlying sampling points. This allows ypdss, in a certain sense, the restriction
on the sampling rate described by the critical Nyquist rateaddition, application of this approach to
more general non-bandlimited functions allows to appr@tarthem by functions that are recoverable
from equidistant samples with arbitrarily large distanetween sampling points (Corollary 4). This
may lead to new approaches to the aliasing problem arisitignm discretization of non-bandlimited
continuous time functions.

The proof is based on predictability of sequences satigfgimgmented degeneracy conditions based
on observations of sparse subsamples. We use a predidjioigtiain representing a modification of the
pathwise predicting algorithm suggested.in [2] (see Pntipod2). Some problems related to imple-
mentation of the recovering algorithm and its robustness mispect to a noise contamination and data
truncation is discussed in Sectian 4.

Some definitions

We denote by, (D) the usual Hilbert space of complex valued square integfablgionsz : D — C,
whereD is a domain.
For f € La(R), we denote by’ = F f the function defined oiR as the Fourier transform gf;

F(iw) = (Fz)(iw) = / e"“Hf(t)dt, w€R.

—00

Herei = \/—1 is the imaginary unit. Fof € Ls(R)), the Fourier transforn#’ is defined as an element
of Ly(iR), i.e. F(i-) € La(R)).

ForQ > 0, let LE*(R) be the subset of.,(R) consisting of functionsf such thatf(t) =
(F7LF)(t), whereF (iw) € Ly(iR) and F(iw) = 0 for |w| > Q}.

We denote by the set of all integers.

Forr € [1,4+o00], we denote by, the set of all sequencas= {z(k)}rez C C, such that|z||,, =
(22 [ (R)") " < oo forr € [1,00) of e, = supges, (k)| < 400 for r = 4o,

LetD° 2 {z e C:|z| >1},andletT = {z € C: |z| = 1}.

Forx € /5, we denote byX = Zx the Z-transform

[e.9]

X(z) = Z z(k)z7%, zeC.

k=—00

Respectively, the inverse Z-transform= Z~' X is defined as

(k) 1/ X () e dw, k=0,£1,£2,....

:% -

Forz € (9, the traceX |7 is defined as an element 65(T).



Let W be the set of all open subsets(efr, 7]. ForiWW € W, let LW (T) be the set of all mappings
X : T — C such thatX () € Ly(—m,7) and X () = 0 forw € W. We will call the the
corresponding processgs= Z~' X band-limited

Let ¢5- be the subset of, consisting of sequences:(k)}rez such thatr = Z~1X for some
X (™) € UwewL"(T). Let 5% (—o0, s) be the subset df(—oo, s) consisting of trace$z (k) } <
ofall x € £5*.

Let H"(D¢) be the Hardy space of functions that are holomorphicZ8nincluding the point at
infinity with finite norm [|A|yz(pey = sup,=1 [1h(pe™))|| L, (=), 7 € [1, +00].

2 The main results

Let us formulate first an one-sided modification of NyquieaSnon-Kotelnikov Theorem; this modifi-
cation is known and follows from the result [18].

Lemmal LetQ) > 0 and7 € (0,7/Q] be given. Le{t; }xez C R be a sequence such thgt= 7k,
k € Z. Then a band-limited functiofi € L““(R) is uniquely defined by the sequerg&t;) }rez.
Furthermore, ifr € (0,7/2), then, for anys € Z, a band-limited functiory e LZBL’Q(R) is uniquely
defined by the one sided-sequel¢ét;) } <.

In particular, LemmE&l1 implies that, for any finite s&tf € L2 (R) is uniquely defined by the values

{f(tr)}ker\s: this was established in/[6] by a different method. We camtaitn the same for some
infinite sets of missing values. For example, it may happahthe L (R) is not uniquely defined
by the values{ f (tax) }kez, if the sampling rate for this samplef (t2x) }rez IS lower than is the so-
called critical Nyquist rate implied by the Nyquist-Shanri¢otelnikov Theorem; see more examples
in [7].

LetQ > 0 andr € (0, 7/Q] be given.

Foré >0andm > 1,m € Z, let

2k — 7
Sm,k: s k:O,17...,m_1,
mT
Ism={weR: min lw — smi| <0}
) k=0,1,...,m—1 ’

Definition 1 Letx € ¢2,0 > 0, m > 1, m € Z. We say that € V(4, m) if
X (e%) =0 for we Jsm, (1)
whereX = 271z,

Theorem 1 Letz € V(§,m) for somes > 0 andm > 1, m € Z. Then, for anys € Z andn > 0,
n € Z, the sequencéz(mk + n) }rez is uniquely defined by the valug¢s(mk + n) }r<s.
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Clearly, Lemmall is a special case of Theofém 1 with- 1.
Form>1,meZ,d=0,..,m — 1, consider mappings1, : {s — ¢5 such that, forx € /5, the
processry; = Mgz is defined as

ﬂj‘d(k’) = l’(k’), k< 0,
zq(k) =2(0), k=0,1,..,d,
xq(k) =x(k—d), k=d+1,d+2,... 2

In particular,zg = .

Definition 2 We say that that a processe ¢, features augmented degeneracy with parameiens:)
if Mgz € V(8,2%m) ford = 0,1,...,m — 1. The set of these processes we denofg(@sm).

Theorem 2 For anym € Z, m > 1, the setJs-ol/ (5, m) is everywhere dense if.

Theorem 3 For anys € Z andm € Z, m > 2, a processe € Us~olf (0, m) is uniquely defined by the

values{z(mk) }r<s.

Theorem 4 Letm € Z, m > 2,02 >0, f € LQBL’Q(R), andr € (0,7/€], be given. Then for any
e > 0 there exists € LY“%(R) such that{ f (x) }xez € U(5,m) and thatsup,cg |f(t) — f(t)| < e.

~

For anys € Z, this functionf is uniquely defined by the valugs (t,mx) He<s-

Remark 1 In the proof given below, we suggest an algorithm of caléoabf the complete sample
{f(tk)}kez from the set of valuef@f(tmk)}kgs. This leads to recovery gf by standard methods.

Remark 2 In Theoreni 4, the valuecan be selected arbitrarily small, and can be selected arbitrar-
ily large. This means that selection of a largeand an arbitrarily small adjustment of a band-limited
function f (i.e. replacemeny byf) makes redundant eve(yn — 1) members among any set af
samples. Since: can be arbitrarily large, the fraction of remaining samplbsit we need for recovery
can be arbitrarily small.

Remark 3 Theoreni ¥4 consider a subsequence of the left hand half ofithplgg series; it is conve-
nient for representation of past historical observatiofus,instance, for predicting problems. However,
a similar statement can be formulated for a subsequenceedfight hand half of the sampling series.
More precisely, we could replace the s{q?(tmk)}kgs by the set{f(tmk)}kzq with an arbitrarily se-
lectedq € Z. This would require to replace the predicting algorithmetproofs below on its backward

version which is rather technical.



Extension on non-bandlimited functions

Theoreni ¥ opens some opportunities for a long standing @mololf sampling for functions that are
not necessarily band-limited. Clearly, afiyc L;(R) N L2(R) can be approximated by bandlimited
functions fo = f—l(FH[_Qm), F = Ff, whereQ? — +o0o. However, for any giverr, the samples
{fa(7k)}rez are insufficient to define the functiofy, if 2 > /7. This means that the sampling
frequency has to be increased along withA related problem is aliasing of continuous time processes
after time discretization.

It appears that Theorelm 1 allows to overcome this obstadecartain sense as the following.

Corollary 1 Letp € (0,1] be given. For anyf € Li(R) N La(R), ¢ > 0, and A > 0, there exist
Q) > 0 such that the following holds for arfy > Q:

0] SUPscRr lf(t) — fa(t)] < e, wherefq = FlFg, Fo = F]I[_Q’Q], F=Ff.

(i) The functionfq belongs toL2**(R), and, forr = pr/Q, satisfies assumptions of Theorgm 1.
For this function, for any: > 0 there exists’ € L5“}(R) such thatup,g |fo(t) — f(t)] < ¢
and thatfis uniquely defined by the valuéf(&k)}kgs for an equidistant sequence of sampling

points#;, = kA, k € Z, foranys € Z.

3 Proofs

Proposition 1 For anyz € (5*(—o0, s), there exists an uniqu& € UwL" (T) such thatz(k) =
(Z71X)(k) fork < s.

By Propositior[ 1L, the futurgz(k)}.~s of a band-limited process = Z-'X, X € L"(T), is
uniquely defined by its historyz (k) } <. This statement represent a reformulation in the detestiini
setting of the classical Szegd-Kolmogorov Theorem fatigtary Gaussian processes|[9, 115,116, 20].

Proof of Propositior_iL The proof follows from predictability results for bandiited discrete time
processes obtained in |2, 3]. For completeness, we willigeoa direct and independent proof. (This
proof can be found in [4]). LeD = {z € C : |z| < 1}. It suffices to prove that if:(-) € ¢5*
is such thate(k) = 0 for k& < s, then eitherz(k) = 0 for k > sorx ¢ (5% If (k) = 0 for
k > s, thenX = Zz = 2°Y(z), whereY € H?(D¢). Hence, by the property of the Hardy space,
Y ¢ UWE(O,,T)]LW(T); see e.g. Theorem 17.18 from [13]. This completes the prbBirapositior(1.

O



Proof of Lemmall

The result of the lemma is known_|18]. We provide a differemtgf since we will use this proof for the
proof of Theoreni 11.
Consider a sequence of samples

1 [ .
z(k) = f(tr) = o /QF(iw) e“hhdw, k=0,41,42,....

Sincet;, = k7, we have that
1 7 0

; 1 ) )
z(k) = Py . F (iv/T) ek dy — o ) G (e“’) ok gy,

The functionG here is such tha® (¢”) = 7~ F(iv/7) for v € (=7, 72); we have used a change of
variablesy = wr. SinceF (iv/7) € Ly(iR), it follows thatG (™) € Lo(T). The two-sided sequence
{z(k)}rez represents the sequence of Fourier coefficients @ind defines uniquelg as well ast
and f; this gives the statement of the Nyquist-Shannon-Kotemikheorem. Further, if < 7/ then
x e 5h.

In this case, Propositidd 1 implies that a sequence #%ms uniquely defined by its trace on the set
{k < 0}. It follows that the functionf is uniquely defined by the sequenge(k)}r<o = {f(tx) }x<o-
This completes the proof of Lemrha (L.

Proof of Theoren11 It suffices to proof the theorem far = 0 only; the extension or # 0 is
straightforward.

Let H be the set of alk € ¢, such that, = Z~1H for someH € H*>(D¢). For theseh, we have
thath(k) = 0if £ < 0.

Proposition 2 For anyn > 0, ¢ € {0,1,...,m — 1}, ande > 0, there existsh € H such that the
following holds:

0)
h(k) =0 ifeither (k+n)/m¢éZ or k<mn—n. ®3)

(i) Foranyz € V(6,m),

sup [z(k +n) —y(k)| <e, (4)
keZ

where the procesg is the output of a linear predictor defined by the kernetss

k
(k) = h(k — p)z(p). (5)

p=



Remark 4 By (3),[8), an estimatg(km) of z(km + n)is constructed using the observatiohs(km +
n — qm)}q>n,qez. This can be seen from representation of convolufion (5) as

y(km) = Z h(jm —n)z(km — jm +n).
JEZ,j>n

Proof of Propositio 2 Let

V(z) £1—exp [— ] : (6)

2+«

wherea = 1 —~~" and wherer > 0 andy > 0 are parameters. This functidnwas introduced in [2].
(In the notations from [2]y = 2u/(q¢ — 1), wherep > 1, ¢ > 1 are the parameters).
Let W (a) = arccos(—a), let D, (a) = (=W (a), W(a)), and letD(a) = [—7, 7]\ D (). We
have thatos(W («)) + a = 0, cos(w) + a > 0 forw € Dy (a), andcos(w) + a < 0 forw € D(«).
Note thate = a(y) — 1 asy — +oc.

It was shown inl[2] that the following holds:
(i) V(z) € H*(D®) andzV (z) € H>* (D).

(i) V(e®)— 1forallw e (—m,7) asy — +oo.

(iii) If we Dy (a) thenRe( Y ) > 0and|V (e®) — 1] < 1.

e ta
The definitions imply that there existg > 0 such that for anyy > v, and for V" selected with
a = Oé(’)/) we havesupwe(_mﬂ\k |V (ei“’) — 1| <1.
We will prove that the predicting can be ensured by kerhels Z—1H represented as

H(z) 2 2"V (z™)", 7

This predictor produces the procégé) approximatingy(k) = x(k+1) asy — +oo for all inputs
x € V(d,m).
Let

Qo) = Uzl:_ol <W(a) + 27‘(']{3’ 2 — W(a) + 27T/<;> 7 Q4 (a) = -7\ Q(a).

m m

From the properties df’, it follows that the following holds.
(i) V(z™) € H®(D¢) andH(z) £ 2V (™) € H®(D®).

(i) V (e™™) — Lforallw e (—m,a] \ {Tspm}]y asy — +oo.



(iii) If w € Q4 () thenRe (ﬁ) > 0and|V (™) — 1] < 1.

By the choice ofV/, it follows that |V (z)| — 0 as|z| — +oo. Hencev(0) = 0 forv = Z~1V.
HenceV (z™) = z=™u(1) + 2~2mp(2) 4+ z~3my(3).... HenceH (z) is such that, = Z~'H belongs
to the clas$4 and that[(B) holds.

It can be noted that is real valued, sincél (2) = H (2).

Figured 1 andl2 show examples of the shape of error curvepfooximation of the forward one
step shift operator. More precisely, they show the shaﬁé?c(fei“) — en| for the transfer function
(@) withn = 1, and the shape of the corresponding predicting kefrveith some selected parameters.

Suppose that we are givenc V(6,m), X = Zz,Y(2) = 2X(2). LetY £ Zj = HX.

Let B be the unit ball ir/,. Let us show that

sup |z(k+n) —y(k)] -0 as v — +oo uniformly over z € V(§,m)N B. (8)
keZ

Lety(t) = z(t +n) andY = Zy. We have thafly (¢*) — Y (&) l1(=rm) = I1 + T2, where
L= / Y ()~ P () [dw, I = / Y () — ¥ () |dw.
Q@) Q+()
By the definitions, there existg > 0 such that, for ally > ~,, we have that
Q(Oé) C I(imv Il =0. (9)

This means that; — 0 asy — +oo uniformly overx € V(§, m) N B.
Let us estimatd,. By the known properties of, we have thatV (¢"™) — 1| < 1for all w €
Q+ (). We have that
I, = / (e — H (e))X (") |dw < / le“n(1 -V (ei“m)n)X (e") |dw
Q) Q(a)
<UL =V (™) zat@s @an X (€%) o (—mm)-

We have thallg , (o) (w)|l — V (¢“™)" | — 0 a.e. asy — +oo, wherel is the indicator function.
We have that

HQ+(Q) (w)|1 -V (eiwm)" | < 2",

From Lebesgue Dominance Theorem, it follows thiat- V' (¢™)" ||, (. (a)) — 0 @Sy — +o0. It
follows thatl; + I, — 0 uniformly overz € V(§, m) N B. Hence[(8) holds and

sup |z(k +n) —y(k)| -0 as v — 4oo uniformly over z € V(6,m) N B.
kEZ



Hence the predicting kernefs(') = Z-1H are such as required. This completes the proof of Proposi-
tion[2. O

We now are in the position to complete the proof of Thedrént duffices to prove that if is such
thatz(km + n) = 0 for k < s, thenz(km + n) = 0 for k > ¢ for all ¢ € Z. By the predictability
established above for a processe V(4,m) such thatc(km + n) = 0 for k& < s, it follows that
x(km 4+ m + n) = 0; we obtain this by letting — 0in (4), i.e. lettingy — +oco in (7). Similarly, we
obtain thatz(km + 2m + ¢) = 0. Repeating this procedure we obtain that:(km + n) = 0 for all
k € 7Z. This completes the proof of Theorém(1.

Proof of Theorerh2Letd € {0, 1, ..., — 1} be selected, and let

2k — 7
d) = 2¢ = d=0 —1, k=0,1,..,u(d) —1
:U’( ) m,  Su(d),k ,u(d)T ) y ey T ) ) /L( )
Ford > 0, let
Isay ={weR: k:O,l?.liLl(d)—l lw — sk <0}

Let us show that, for small enough> 0, the setd; 4y are disjoint for different! € {0, ..., m—1}.
It suffices to show that,, ).k # Su(dy), If d1 # da forall k,1 € Z. Suppose that,4,)x = Su(dy),l
for somek, ! € Z for dy = d; + r, for somed;, ds € {0,1,...,m — 1} such that- 2dy—dy >0.1n
this case, the definitions imply that

2k—1 20—1
241 2da
This means tha?” (2k — 1) = 21 — 1, and, therefore the numb@f(2k — 1) is odd. This is impossible
since we had assumed that- 0. Hence the set§; (4 are disjoint for different € {0, ..., m — 1} for
smallé > 0. Without a loss of generality, we assume thaised below have these properties.
Consider auxiliary processeg € /5, defined by[(R) fodl = 0,1, ...,m — 1. In particular,zg = 0.
LetY; = X, — X4, whereX, = Zxg, d = 0,1,...,d. Sincezxy(k) = zo(k) for k < 0, it follows
thaty,(k) = 0fork < 0foryy = Z27'Y,,d = 1,2,...,m — 1; in addition,Yy = 0 andyy = 0. Further,
let

d=1

m—1
Xo (eiw) = Xo (eiw) H{wséu”flJ(s,u(d)} + Z Yq (eiw) Lwe s ma}-
d=1

Let X, 2 Xo—Y,ford = 1,...,m— 1. By the definitions, it follows thak (e™) = 0forw € Js (),
d = 0,1,...,m — 1. Hencezy = Z-1X,; € V(6,u(d)) for d = 0,1,...,m — 1. It follows that
x = xog € U(4,m). In addition,z,(k) = Zo(k), for k < 0 andd = 1,2,...,m — 1. Clearly,
|Zo — x0lle, — 0 @asé — 0. This completes the proof of Theorgin(2.
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Proof of Theorenil3 It suffices to consides = 0 only. Letz € /,. Consider again aux-
iliary processesty € /9, defined by [(R) ford = 0,1,...,m — 1. By Theorem[l, the paths
{Za(mk)}i>1 = {Zo(mk — d) }p>1 and{z4(mk) <o = {Zo(mk)}r<o are uniquely defined by the
paths{z,(mk)}r<s = {To(mk)}r<s. The same proposition applied backward in time implies tihet
paths{zo(mk — d)}r<o are uniquely defined by the paths,(mk — d)}1r>1 (see Remark]3 above).
This completes the proof of Theorér(3.

Proof of Theorenil4 Let z(k) = f(tx) for k € Z. By Theoreni R, for any > 0, there exist
0 = d(e) > 0andz € U(d, m) such that|z — z¢|l¢, < e. Further, there exists a unique function
f e LY"%(R) such thatf(ty) = Z(k) for all k € Z. Let F = Ff. It follows that ||F(i-) —
F(i)||L,m) — 0ase — 0, whereF' = Ff. SinceF (iw) = 0 and F(iw) = 0 if |w| > €, it follows
that || F(i-) — F(i )L, m) — 0ase — 0. Hencel|f — fllz,m) — 0ase — 0forp = 2,+o0. This
completes the proof of Theordr @

Proof of Corollary[1.We have that

supl7(6) ~ falt) = - [ I(iw) ~ Faliw)lde
1

= — |F(iw)|dw — 0 as Q — +oo, m — +o0.
21 JR\[-0,9]
Then statement (i) follows. The functiofy, has the same properties as the functfoim TheoreniB.

This completes the proof of Corollary @

4 On numerical implementation

To apply the classical Nyquist-Shannon-Kotelnikov Theoffer the data recovery, one has to restore
the Fourier transforni” = J—“ffrom the two-sided sampling seriég(tk)}kez. This procedure is rel-
atively straightforward. Theoref 3 allows to bypass, indate sense, the restriction on the sampling
rate defined by the critical Nyquist rate. The aims of the gmepaper are limited by the theoretical
aspects of possibility of recovering functions from dediegasamples rather than numerical methods.
Admittedly, this is only the very first step in solution of theoblem; numerical implementation to data
compression and recovery using the scheme in the proof abovenerically challenging and there are
many open questions. So far, this possibility is rather riiggzal, since the presence of a noise in the
data or in the measurements can cause a significant erroertNeless, the proof of the main result is
based on a construction of certain recovering algorithnt.usediscuss applicability of this algorithm
for numerical implmentation. The steps leading to this atgm can be summarized as follows.
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An algorithm of recovery of fe U(d, m) from a decimated sample

The algorithm used in the proof of Theoréin 1 requires to retetransformG (e*) = ﬁ(z‘w/r) from

sparse subsequences using predicting algorithms dedanilfroposition 2. Assume that one wishes to

apply the algorithm implied by Theordm 1 for recovering?osﬁ U (95, m) from the sample{f(tmk)}kgo

under the assumptions of Theoréi 1 with a fised=ormally, the algorithm implied by the proof of

this theorem requires the following steps:

(A1) Foranyk > 1,d = 0,1,...,m — 1, , estimatezo(km — d) = Zq(km) from Zo(km)|r<o =
Zq(km)|p<o using [(B)AT), wheres(k) = f(t), and wherez; = Mgz are formed as in{2).
This can be done with an arbitrarily small error, with selatiof v such that tha{{{4) holds for
constructed as described above with a sufficiently small0.

(A2) Using an anticausal modification dfl(4) applied backiyaestimatez,(km — d)|x<o from
fo(km — d)‘kzl ford = 1,....m—1.

(A3) Accept the valueg (k) as estimates of the valuﬁtk).
(A4) Restoreffrom the complete sampl{ef(tk)}kez.

Let us list some difficulties arising for implementation bése steps. First, it can be noted that the
choice ofz in (d) controls the size of the error for given that the cortgpequences = {z(k) }kez =
{fs(tr) }rez are normalized such thdt|,, < 1. However, the complete sequences are unknown a
prior and have to be calculated from a subsample. If the i, of the calculated: will be larger
than one, than the error may exceedStep (Al) is numerically difficult but still feasible, ginehat
some recovering error is tolerable.

However, numerical implementation of Step (A2) of this aithon would require solution of ill-
posed inverse problems. It can be seen form the following. dlgorithm of recovering of the complete
sampling sequencege(k)}rez = {f(tk)}kez from a decimated sequence uses thstep forward
linear predictor defined by the transfer functicﬁs(e"w) given by [7) that approximate the function
e“n representing the forward one step shift in the time domain-as-+oc; the valuegH (™) —e™n|
are small forw ¢ Q(«). However, the error$ (¢) — | for w € Q(a) rise sharply as either
n — +oo ormes Q(«a) — 0, i.e. ife — 0 ory — +oo in Propositiori_ 2; this can be seen on Figurkes 1
and2, where it was assumed that= 1. This means that the presence of a noise,fﬁ@(ei“) £ 0 for
w € Js (), can imply a significant error for largg or n. This means that one cannot guarantee that
the errors of recovering(n) is bounded im > 0. The presence of these errors makes impossible to
ensure any boundaries for the error on step (A2), i.e. folieatjpn of anticausal modification ofl(4)
applied backward for estimation of (km —d)|x<o from zo(km—d)|;>1. Therefore, step (A2) requires
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solution of a ill-posed problem. A solution is still posstilased on methods of a well developed theory
of inverse and ill-posed problems; however, the error casidpgficant.

It can be noted that solution of an ill-posed problem is nquied for recovering?(tn) forn >0
from the sampqu(tmk)}kez,kgo, for any givenn > 0 (this is covered by Step (A1) mentioned above).

Let us show that this task features some robustness-if) is fixed or separated from zero.

Assume that the parameters, ) of V' in (7)) are selected such th&i (4) holds with some 0.
Suppose that the kernetsdefined by [(V) are applied to a sequence with a noise contéionna_et
us consider an input sequences ¢, such thatr = x¢ + n, wherezy € V(§, m), and where) € ¢
represents a noise. L&t = Zxz, Xy = Zzo, andN = Zn. We assume thatN (¢*) ||, (—x.x) = 0;
the parametes > 0 represents the intensity of the noise.

In the proof of Theorerhl1, we found that, for an arbitrarilyadha > 0, there exists a predicting
kernelh € H such that

/7r \(H (e™) — e“™ X (™) |dw < 21 Vg €V,

whereH = Zh. This kernel is such thak = h o z, approximated the process (t) = zo(t+1) such
that

Let us estimate the prediction error for the case where0. Forjj = h oz andz™(t) 2 z(t + n),
we have that

17— 2%l < Eo+ Ey,
where
1, = - '
Ly = %”(H (€M) — ") Xo (ew) H‘Ll(—ﬂﬂr) <&
1

Ey = oo lI(H () = ¢“")N (¢%) []l 24 (-nm)

It follows that
17— 2" [lee, < e+o(r+1), (10)
where
k= sup |H (ei‘“) |.

w€[—m,7]
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Therefore, it can be concluded that the estimate(af) with a given(+y, ) is robust with respect to

noise contamination. However, we have that
K — 400 as y— +oo. (11)

This implies that errof (10) is increasingas- 0 for any givens > 0. This happens when the predictor
is targeting too small a size of the error for the sequenaas (5, m), i.e. under the assumption that

o =0.

Remark 5 The robustness established above ensures that there issbustness with respect to input
data truncation. To see this, it suffices to apply the reagivisn above to)(k) = —xo(k)l,_ny for
someN > 0, thenz (k) = zo(k)Lj,~_ny. Foralarge N > 0, the norm(|n||, is small forz € /5.

Some examples of numerical experiments for related piiadietigorithms can be found inl[5] (for
the case wherer = n = 1, in the notations of the present papers).
We leave detailed investigation of possibilities for nuit@rimplementation and robustness for the

future research.

5 Discussion and future developments

() It could be interesting to find non-equidistant infinittsthat can be redundant for recoverability
of the underlying function. In particular, it could be ingsting to investigate if recovery of
suggested in Theorelm 1 is robust with respect to errors atilmt of the sampling points;.

(ii) Itis unclear if our approach based on predictabilitydi$crete time processes is applicable to
processes defined on multidimensional lattices. It coulmhtegesting to extend this approach on
functionsf : R? — R, using the setting from [12].

(i) It can be noted that the choice of predicting kernelesanted in the proofs above is not unique.
For example, we could use a predicting algorithm from [3{eas of the the predicting algorithm

based on 2] that was used in the present paper.

(iv) Since we used a predicting algorithm [2] that does nquie that the spectrum of an underlying
process is actually vanishing on an ardpfve can relax conditions of Theorém 1. Instead of the
condition that the spectrum vanishes on open gts we can require that the spectrum vanishes
only at the middle points of the intervals forming,,,; however, the rate of vanishing has to be

sufficient, similarly tol[2].
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(v) Itcan be noted that the definition &f 6, m) allows many acceptable modifications. In particular,
the proofs can be extended on the case whgrare defined such that there exi8ts> m such
thatz,(k) = x(k — d) for k > 6, without any restrictions ofiz,(k) }r=1... -

Acknowledgment

This work was supported by ARC grant of Australia DP1201@&2the author.

References

[1] T. Cai, G. Xu, and J. Zhang. (2009), On recovery of spaigeads via/; minimization, IEEE
Trans. Inf. Theoryvol. 55, no. 7, pp. 3388-3397.

[2] Dokuchaev, N. (2012). Predictors for discrete time pases with energy decay on higher fre-
guencieslEEE Transactions on Signal Processiég No. 11, 6027-6030.

[3] Dokuchaev, N. (2012). On predictors for band-limiteddrigh-frequency time serieSignal
Processing@?2, iss. 10, 2571-2575.

[4] Dokuchaev, N. (2012). Causal band-limited approxiwmtind forecasting for discrete time pro-
cesses. arXiv 1208.3278.

[5] Dokuchaev, N. (2016). Near-ideal causal smoothingr§lfer the real sequenceSignal Pro-
cessingl18 iss. 1, pp. 285-293.

[6] Ferreira P. G. S. G.. (1992). Incomplete sampling sesies the recovery of missing samples
from oversampled bandlimited signalEEE Trans. Signal Processimtp, iss. 1, 225-227.

[7] Ferreira P. G. S. G.. (1995). Sampling Series With An litditNumber Of Unknown Samples.
In: SampTA’95, 1995 Workshop on Sampling Theory and Applitait68-271.

[8] Jerri, A. (1977). The Shannon sampling theorem - itsawsiextensions and applications: A
tutorial review.Proc. IEEEG5, 11, 1565-1596.

[9] Kolmogorov, A.N. (1941). Interpolation and extrapadet of stationary stochastic seridgy.
Akad. Nauk SSSR Ser. M&t1, 3-14.

[10] Kotelnikov, V.A. (1933). On the carrying capacity ofetlether and wire in telecommunications.
Material for the First All-Union Conference on Questions @dmmunication, Izd. Red. Upr.
Svyazi RKKA, Moscawl933.

15



[11] Nyquist, H. (1928). Certain topics in telegraph traission theory,Trans. AIEE Trans., vol. 47,
pp. 617644,

[12] Petersen, D.P. and Middleton D. (1962). Sampling amodmstruction of wave-number-limited
functions in N-dimensional Euclidean spackedormation and Contrglvol. 5, pp. 279323.

[13] Rudin, W.Real and Complex Analysi8rd ed. Boston: McGraw-Hill, 1987.

[14] Shannon, C.E. (1949). Communications in the presefhoeise, Proc. Institute of Radio Engi-
neers vol. 37, no.1, pp. 1021.

[15] Szegd, G. (1920). Beitrage zur Theorie der Toepthen FormenMath. Z.6, 167-202.
[16] Szegd, G. (1921). Beitrage zur Theorie der Toepen Formen, lIMath. Z.9, 167-190.

[17] Unser, M. (2000). Sampling 50 years after Shannon, éadings of the IEEE, vol. 88, pp.
569587.,

[18] Vaidyanathan P. P. (1987). On predicting a band-lichi#egnal based on past sample values, in
Proceedings of the IEEE, vol. 75, no. 8, pp. 1125-1127.

[19] Vaidyanathan, P.P. (2001). Generalizations of the @@ Theorem: Seven Decades After
Nyquist. IEEE Transactions on circuits and systemsl: fundamentabithh and applicationsv.
48, NO. 9,

[20] Verblunsky, S. (1936). On positive harmonic functigaecond paperProc. London Math. Soc.
40, 290-320.

[21] Whittaker, E.T. (1915). On the Functions Which are Rapnted by the Expansions of the Inter-
polation TheoryProc. Royal Soc. Edinburgh, Sec.Wl.35, pp. 181194,

[22] Zayed A. (1993). Advances in Shannon’s Sampling TheBoca Raton, CRC Press, N.Y, Lon-
don, Tokyo.

16



-10 -5 0 5 10 15 20 25 30 35 40

Figure 1: Approximation of the one-step forward shift operator: the values ‘ﬁ (eiw) — €| for the

transfer function of the predictor (@) and the values of the corresponding kernel h with v = 2.5,
r=04,m=2.
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Figure 2: Approximation of the one-step forward shift operator: the values |I:T (ei“) — €| for the
transfer function of the predictor ({l) and the values of the corresponding kernel h with vy=4,r =04,

m = 4.
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