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Abstract

The classical sampling Nyquist-Shannon-Kotelnikov tleeoistates that a band-limited con-
tinuous time function is uniquely defined by infinite two-stdsampling series taken with a suffi-
cient frequency. The paper shows that these band-limitections allows an arbitrarily close uni-
form approximation by functions that are uniquely definedtir extremely sparse subsamples
representing arbitrarily small fractions of one-sidedidiptiant sample series with fixed oversam-
pling parameter. In particular, an arbitrarily small adijusnt of a band-limited underlying function
makes redundant evefy:. — 1) members of any set eft samples for an arbitrarily large. This al-
lows to bypass, in a certain sense, the restriction on thelkagrate defined by the critical Nyquist
rate.
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1 Introduction

The paper suggests a modification of the classical samgliegrém that is also known as Nyquist-
Shannon theorem, Nyquist-Shannon-Kotelnikov theorem jttdker-Shannon-Kotelnikov theorem,
Whittaker-Nyquist-Kotelnikov-Shannon theorem, whichoise of the most basic results in the the-
ory of signal processing and information science. This tlostates that any band-limited function
can be uniquely recovered without error from a infinite tiaed equidistant sampling sequence taken
with sufficient frequency. This result was obtained indefganly by four authors [271, 11, 10,/14]. The
theorem imposes a restriction on the sampling rate definetthdoygritical Nyquist rate as the lower
boundary of the sampling rate allowing recovery of the ulyitgg function. Numerous extensions of
this theorem were obtained, including the case of nonumifsampling and restoration of the signal

with mixed samples; see some recent literature review! i@ [1L7, 19, 22]. There were many works

The author is with Department of Mathematics and Statis@estin University, GPO Box U1987, Perth, Western Aus-
tralia, 6845 (email N.Dokuchaev@curtin.edu.au).


http://arxiv.org/abs/1605.00414v3

devoted to reducing the set of sampling points requireddstaration of the underlying functions. In
particular, it is known that a bandlimited function can beawered without error from an oversampling
sample sequence if a finite number of sample values is unkndiia known [18] that the function
can be recovered without error with a missing one-sideddfaahy oversampling sample sequence. It
is also knownl[7] that the function can be recovered withaubrewith a missing equidistant infinite
subsequence consistentsah member of the original sample sequence, i.e. that aitimember is
redundant, under some additional constraints on the avgilézy parameter. The constraints are such
that the oversampling parameter is increasing ¥ 2 is decreasing.

The present paper readdress the problem of reducing thdesaequired for reconstruction of the
underlying continuous time band-limited function. We shibxat an arbitrarily small adjustment of a
band-limited underlying function makes redundant every— 1) members of any subset of samples
from an one-sided equidistant sample (Theokém 1 and Coydla Thism can be selected arbitrarily
large, without increasing of oversampling parameter ferdhderlying sampling points. This allows
to bypass, in a certain sense, the restriction on the sagwaie described by the critical Nyquist rate.
The corresponding recovery algorithm is based on a pathpvesgicting algorithm (Propositidd 2). In

addition, we establish the robustness of recovering dtyarivith respect to the noise contamination.

2 Some definitions

We denote by, (D) the usual Hilbert space of complex valued square integfablionsz : D — C,
whereD is a domain.
For f € Ly(R), we denote by’ = F f the function defined o¥R. as the Fourier transform gf;

Pliw) = (Fz)(iw) = / e~ f(1)dt, w € R.

Herei = \/—1 is the imaginary unit. Fof € Ls(R)), the Fourier transforn#’ is defined as an element
of Ly(iR), i.e. F(i-) € Ly(R)).

ForQ > 0, let LE*(R) be the subset of.,(R) consisting of functionsf such thatf(t) =
(F7LF)(t), whereF (iw) € Ly(iR) and F'(iw) = 0 for |w| > Q}.

We denote byZ the set of all integers. L&t = {m € Z: m > 0}.

3 The main results

Let us formulate first an one-sided modification of NyquieaSnon-Kotelnikov Theorem; this modifi-
cation is known and follows from the result [18].



Lemmal LetQ2 > 0andr € (0,7/2) be given. Left;}rez C R be a sequence such that= 7k,
BL,S)

k € Z. Then, for anys € Z, a band-limited functiorf € L, **(R) is uniquely defined by the values
{f () tozs-
BL,S)

In particular, Lemmall implies that, for any finite s&t f € L, "(R) is uniquely defined by the
values{ f(tx) }rez\s: this was established in![6] by a different method. We camtaitn the same for
some infinite sets of missing values. For example, it may éagpatf < L];L’Q(R) is not uniquely
defined by the value$f (tor) }kez, if the sampling rate for this samplef (tox ) }kez IS lower than is
required by the Nyquist-Shannon-Kotelnikov Theorem; seeenexamples in [7].

The main result of the present paper is given by the folloviiregprem.

Theorem 1 Letm € Z* be given, and let» > 2. LetQ > 0 andr € (0, 7/Q) be given. Let

21k —
Sp = T W, k=0,1,..,m— 1.
™m

Foro > 0, let

I(;:{weRszmin 1|w—sk|§5}. (1)

=U,1,...,

Let f € LY“%(R) be such that there exisfis> 0 such that
F(iw) =0 for we T, @)

whereF = F~1f. Let{t;}rez C R be a sequence of sampling points defined,as 7k. Then, for
BL,S)

anys € Z, a band-limited functiorf € L, "*(R) is uniquely defined by the valu€g(t,,x—1) }x<s-

Corollary 1 LetQ > 0, f € LE**(R), andr € (0,7/9), be given. Then for any > 0 there exists
§ = 6(e) > 0 such thasup,cg | f(t) — f5(t)| < e, wherefs = F~1(Flz,), F = Ff. Thisfs satisfies
assumptions of Theordm 1 and is uniquely defined by the vafig€s,r—1)}i<s-

Remark 1 In Theoreni Il and Corollary]1, the valuésandes can be selected arbitrarily small, and
can be selected arbitrarily large. This means that selectiba largem and an arbitrarily small ad-
justment of a band-limited functiof(i.e. replacement by f5 defined in Corollary 1) makes redundant
every(m — 1) members among any setrefsamples. Sincen can be arbitrarily large, the fraction of

remaining samples that we need for recovery can be arbiyrarnall.

Remark 2 The valuer = 7/Q is excluded in Lemmid 1 and Theorein 1, meaning that the sgfiés

oversampled'; this is essential for the proof. This value is allowed in thassical Nyquist-Shannon-
Kotelnikov Theorem with two-sided sampling series thaestéhatf € LfL’Q(R) is uniquely defined
by the valueq f (tx) }rez if 7 € (0,Q/7].



Remark 3 In the proof given below, we suggest an algorithm of caleoiabf the complete sample
{f(tr)}kez from the set of value§f (t2,+1) }r<s. This leads to recovery gf by standard methods.

Remark 4 Theoreni L consider a subsequence of the left hand half oathplgg series; it is conve-
nient for representation of past historical observatiofws,instance, for predicting problems. However,
a similar statement can be formulated for a subsequenceeaight hand half of the sampling series.

4 Proofs

Some preliminary definitions and results

Let us introduce some additional notations first.

Forr € [1,4+00], we denote by, the set of all sequences= {z(k)}rez C C, such that|z|l,, =
(> ]w(k)\")l/r < +ooforr € [1,00) or ||z|s, = supez |z(k)| < +oo for r = +oo.

We denote byL,(—m, ) the usual Banach space of complex valdgdintegrable functions: :
[, 7] — C.

LetD°2 {z e C:|z| >1},andletT = {z € C : |z| = 1}.

Forx € /5, we denote byX = Zx the Z-transform

o0

X(z) = Z z(k)z%, zeT.

k=—00

Respectively, the inverse Z-transform= Z~' X is defined as

T o

z(k) 1/ X () e dw, k=0,£1,£2,....

Forx € ¢, the traceX|r is defined as an element 6%(T).

Let H"(D¢) be the Hardy space of functions that are holomorphicZsnincluding the point at
infinity with finite norm | A2 (pey = sup,=.q [|2(pe™)) |1, (=), 7 € [1, +00].

ForW € (0, ), letL" (T) be the set of all mapping& : T — C such thatX (™) € Lo(—m,)
andX (e¢™) = 0 for |w| > W. We will call the the corresponding processes: Z~' X band-limited

Fors € Z, we denote bys(—o0,s) the set of all sequences = {z(k)}r<s C C, such that
e oo [ (k)2 < o0,

Let ¢5% be the subset of; consisting of sequencese(k)}xez such thatr = Z~1X for some
X (%) € UwemnL"(T). Let ¢§%(—o0,s) be the subset ofy(—oo,s) consisting of traces
{z(k)}r<s Of all x € £5".

Proposition 1 Foranyz € (5% (—oc, s), there exists an uniqu¥ € Uy ¢ (o L' (T) such thate (k) =
(Z71X) (k) for k < s.



By Lemmél, the futuréz(k)} 4~ of a band-limited process = 21X, X € LW(T), is uniquely
defined by its history{z (k) }x<s. This statement represent a reformulation in the detestiinsetting
of the classical Szegod-Kolmogorov Theorem for statior@ayssian processes [9) 15, 16, 20].

Proof of Propositiori Il The proof follows from predictability results for bandahnited discrete time
processes obtained in [2, 3]. For completeness, we willigeoa direct and independent proof. (This
proof can be found in [4]). LeD = {z € C : |z| < 1}. It suffices to prove that if:(-) € ¢5*
is such thatc(k) = 0 for k& < s, then eitherz(k) = 0 for k > sorx ¢ (5% If (k) = 0 for
k > s, thenX = Zz = 2°Y(2), whereY € H?(D¢). Hence, by the property of the Hardy space,
Y ¢ UWE(O,,T)]LW(T); see e.g. Theorem 17.18 from [13]. This completes the prbBfrapositior1.

O

Proof of Lemmal[l

The result of the lemma is known [18]. We provide a differemtqf since we will use this proof for the
proof of Theoreni 11.
Consider a sequence of samples

1 e .
‘T(k) = f(tk) = % /Q F (zw) e“"tkdw, k=0,+1,£2, ...

Sincet, = k7, we have that

1 4 . 1 0 4 4
x(k) = F (iV/T) eVkdy = — / G (ew) Rz

2T o 2 J_.q

Here G is such thatG (¢*) = 7= 'F(iv/7). We used here a change of variables= wr. Since
F (iv/7) € Ly(iR), it follows thatG (e) € Ly(T). By the assumption that < 7/, it follows that
Q) < mandz € (5. By the Nyquist-Shannon-Kotelnikov Theorem, it followstthe functionf is
uniquely defined by the two-sided sequere€k)}rez = {f(tx) }rez. Further, Lemmall implies that
a sequence frorf5’” is uniquely defined by its trace on the $&t< 0}. Hence the sequende (k) },<o
defined uniquely the sequen¢e(k)} ez, and this sequence defines uniquélyas well asF’ and f.
This completes the proof of Lemrha L.

Proof of Theorem[1

It suffices to proof the theorem far= 0 only; the extension or # 0 is straightforward.
LetV be the set of alt: € ¢, such that|x||,, < 1 and

X (e¥)=0 for weJs, ®3)



whereX = 2~ !z,
Js ={w € (—m, 7] : k:(],rlrii.?m_l lw — 75| < o7} 4)
Let H be the set of alh € /., such that the following holds:
() h=Z"'H for someH € H>®(D®);
(i) h(d)=0if (d+1)/m ¢ Z,d € Z,
(iii) h(d) = 0 for all negatived € Z.

Proposition 2 The classV is predictable in the following sense: for aay> 0, there existh € H

such that
ly(k) = (k)] <€ (5)
foranyx € V, where
k
y(k) =z(k+1), §k)= Y hk—d)z(d). (6)
d=—0oc0

In (€),y = h o z; we use the sign for the convolution inds. The procesg is the output of a linear
predictor defined by the kerngl
Proof of Propositiori 2 We will prove that the predicting can be ensured by kerhels Z—1H,

where

1>

H(z) £ 2V (™), (7)

and where

V(z) £1—exp [— ] : (8)

2+«

wherea = 1 — v~ and wherer > 0 and~ > 0 are parameters. This functidn was introduced in
[2]. (In the notations from [2]y = 2u/(q — 1), wherep > 1, ¢ > 1 are the parameters). This predictor
produces the proceggt) approximatingy(t) = z(¢ + 1) asy — +oc for all inputsz € V.
Let W (a) = arccos(—a), let D, (a) = (=W (a), W(a)), and letD(a) = [—7, 7]\ D (). We
have thatos(W («)) + a = 0, cos(w) + a > 0 forw € Dy (a), andcos(w) + a < 0 forw € D(«).
Note thate = a(y) — 1 asy — +oc.

It was shown in[[2] that the following holds:

() V(2) € H®(D®) and=V (z) € H™(D").



(i) V(e®) — 1forallw € (—m,7) asy — +oo.

(i) If w e D, (a)thenRe ( Y ) > 0and|V (¢) — 1] < 1.

e+
The definitions imply that there existg > 0 such that for anyy > ~4 and forV selected with

a = a(y) we havesup,,c(—x, -\, [V (e*) -1 < 1.
Let

Qo) = UZL:_OI (W(a) + 27'(']{37 2 — Wi(a) + 27T/<;> ’ Q4 (a) = [-m.7]\ Q(a).

m m

From the properties df’, it follows that the following holds.
(i) V(z™) € H®(D¢) andH (z) = 2V (z™) € H®(D").
(i) V (M) — 1forallw € (—m, @]\ {rsi}1, asy — +oo.
(iii) If w € Q4 (a) thenRe (ﬁ) > 0and|V (¢m<) — 1] < 1.

In addition, we have that = Z~'V is such that(0) = 0. It follows thatV (2™) = z~™v(1) +
272my(2) + 273my(3).... HenceH (z) = 2V (z™) belongs to the clasK.
Suppose that we are givenc V), h=2Z"1H,X 2 Zz, and

y(t) Zat+1), §t)= Y bt —s)z(s).

This means that (z) = 2X(z), Y = Zj = HX.
Suppose thay — +oo. Let us show that this implies that

sup |z(k+ 1) — y(k)| — 0.
teZ

We have thaflY (¢) — Y (e%) ||z, (_r.x) = I1 + I, where
I - / Y () - T () [dw, I = / ¥ () - ¥ () |dw.
Q(a) Q+(e)
By the definitions, there existg > 0 such that, for ally > ~,, we have that

Q(a) C s, 9)

andl; = 0. It follows that/; — 0 asy — +oco uniformly overx € V.
Let us estimatd,. By the known properties of, we have thatV (¢"™) — 1| < 1for all w €
Q+ (). We have that

I = /Q( ) e (1 =V (™)X () ldw < |1 =V (€™) I La(@u () X () llLo(=r,m)-

7



We have thal), ,)(w)|1 —V (e**) | — 0 a.e. asy — +oc, wherel is the indicator function. We

have that
Ig, (W)1-V ()| < 1.

From Lebesgue Dominance Theorem, it follows that- V (") || 1,0, (o)) — 0 @Sy — +o0. It
follows thatl; + Io — 0 uniformly overz € V. Hence||y — yl/,., — 0 asy — +oo uniformly over

x € V. It follows that the predicting kerne%(-) = Z~1H are such as required. This completes the
proof of Proposition 2]

Corollary 2 For anyz € V and anys € Z, the sequencéx(mk — 1)},<; uniquely defines.

Proof of Corollary(2.1t suffices to prove that if: is such that:(k) = 0 for k < s, thenz(k) = 0 for
k > s. Let us apply predictability established above to a proeessy such that:(k) = 0 for k < s.
Lety(k) = Zfl:_oo ﬁ(k —d)z(d), wherel, are selected as above, with— +oc. Clearly,y(k) =0
if & < s. It follows from the predictability of: established in Propositién 2 thatl) = 0.

Further, let us apply the proof given above to the proag$s) = z(k + 1). Clearly,z; € V and
z1(k) = 0for k < s. Similarly, we obtain that; (k) = 0 for all £ < s+ 1. Repeating this procedure
times, we obtain that(k) = 0 for all k < s + n for all n. This completes the proof of Corollary 21

We are now in the position to complete Theofem 1.4@t) = f(¢;), k € Z. In the notations of the
proofs of Lemmd&Nl and Propositioh 2, we have that the funaflanT — C is such thatG (¢™“) =0
if either |w| > W = 7Q orw € Js. By Propositior 2, the sequenée (k)}cz is uniquely defined
by the sequencéf (tx—1)}k<s- HenceG is uniquely defined by the sequenfg(t,.x—1) }r<s. Since
F = Ff is uniquely defined by, it follows that the functionf = F~'F is uniquely defined by the
sequence f(tmk—1) tk<s. This completes the proof of Theorém(d.

Proof of Corollary[1 It suffices to observe thdtF'(i-) — Fis(i-)||,r) — 0 asé — 0, where
Fs = Ffs. Since the support of (iw) = 0 and Fs(iw) = 0 if |w| > €, it follows that | F(i-) —
Fs(i-)|lL, ) — 0asé — 0. Hencel| f — f5]|1..r) — 0 asd — 0. This completes the proof.]

It can be noted that the choice of predicting kernels preskintthe proof is not unique.

5 An algorithm of recovery of f from a decimated sample

The present paper targets the theoretical aspects of pibgsibrecovering functions from decimated
samples rather than numerical methods. However, the pamefeased on construction of a recovering
algorithm that still may have a potential for practical apgiions.

To apply the classical Nyquist-Shannon-Kotelnikov Theoffer the data recovery, one has to re-
store the Fourier transforti = F f from the two-sided sampling seri¢g (¢) }xcz. This procedure is

8



relatively straightforward. The algorithm used in the grobTheoreni 1 requires to restore Z-transform
G (ei”) = F(iw/7) from sparse subsequences using predicting algorithmsasutie one described
in Propositior 2. This task is feasible but numerically tvaging.

Let us summarize the steps implied by Theorém 1 for recoviefyfimom the sampld f (¢,,k—1) }r<s
under the assumptions of TheorEn 1 with a fise@he algorithm requires the following steps:

() For a givene > 0, find  that ensures thatl(5) holds farconstructed as described above with

this~.

(i) Find 7 presented if (5). Accept the valugg,) as estimates of the valugét,) that are missing
ford¢ {km+1: keZ, k<s}.

(i) Restoref from the full oversampling serieSf (t4) }acz.-

It can be noted that the choice ©tontrols the size of the error for normalized complete seqee
x = {z(k)}kez = {f(tr) }rez such thal|z||,, < 1. However, the complete sequences are unknown a
prior. It may happen that the norfix| ¢, of the calculated: will be large; in this case, the error will be
larger thare. To achieve higher precision, one may need to repeat tteg ligeps with a smaller.

Some examples of applications of related predicting allgar$ can be found in[[5].

On robustness of recovery of the sample with respect to noissmntamination

Let us discuss the presence of the contaminating noise omagng the complete sampling sequences
{z(k)}rez = {f(tr) }rez from a decimated sequence.

The predicting algorithm uses the transfer functﬁr(e"“’) defined by[(V) that approximates the
function e representing the forward one-step shift in the time domiie;value| () — €™ is
small outside of)(«). Therefore, the procesgt) represents an one step predictionagf + 1)
if X (e™) vanishes orQ (). This is illustrated by Figures| 1 aid 2 showing the shape wfrer
curves for approximation of the forward one step shift ofmraviore precisely, it shows the shape of
\H (e™) — €| for the transfer function{7), and the shape of the corregipgnpredicting kernelvh
with different parameters. As can be seen, the values dffeeafunctions rise sharply ases Q1 (o) —

27, i.e., ife — 0 ory — +oo in Propositior. 2 o — 0 in Corollary[1. This means that the presence
of noise, i.e.,F'(iw) # 0 for w € Zs, can imply a significant error for largeor smallé.

Let us show that the algorithm still features some robustife$ > 0 is fixed or separated from
zero.

Assume that the assumptions of Theofém 1 are satisfied wite 0> 0. Suppose that the kernels
1 described in the proof of Propositibh 2 are applied to a secpi&ith a noise contamination. Let us



consider an input sequeneec= /5 such thatr = xq + n, wherezy € V, and where) € ¢, represents a
noise. LetX = Zx, Xy = Zzo, andN = Zn. We assume that\' () ||, (_r ») = o; the parameter
o > 0 represents the intensity of the noise.

In the proof of Theorerhl1, we found that, for an arbitrarilyadha > 0, there exists a predicting
kernelh € 7 such that

/ |(ﬁ (ei‘“) - 1)Xp (eiw) |dw < 27e  Vag €V,

whereH = Zh. This kernel is such thak = h o z, approximated the process (t) = zo(t+1) such
that

150 — @ llese < e

Let us estimate the prediction error for the case where0. Forj = ho x andzt(t) = z(t+1),
we have that

17 — 27 leee < Eo + Ey,
where
1 ~ ) 1 ~ . )
%II(H () =1)Xo () oy (cnm) <& Ep= g\I(H () = DN () [l (= m)-

The valueE, represents the additional error caused by the presencexpeacted high-frequency noise

By =

(wheno > 0). It follows that
17— 2" len <eto(r+1), (10)
where
k= sup |H (ei‘“) |.
we[—m,m]
Therefore, it can be concluded that the prediction is rolitst respect to noise contamination for

any givene.

However, we have that
K— +00 as vy — +o0o. (11)

This implies that errof (10) is increasingas~ 0 for any givens > 0. This happens when the predictor
is targeting too small a size of the error for the sequenaes ¥, i.e. under the assumption that= 0.

In particular, this implies that the assumptions of Thedfiecannot be bypassed via approximation
described in Corollarf]1 withf; = F~YFlg), F = Ff. The problem is that the valugs(t,,x—1)
are not observable directly; the errptt,.x—1) — fs(tmrk—1) — 0 asd — 0. However, ifé — 0, then
we needy — +oo to ensure[(9). In this casé, (10) ahdl(11) imply that the a@srarcreasing.

10



6 Discussion and future developments

() It could be interesting to find non-equidistant infinittsthat can be redundant for recoverability
of the underlying function. In particular, it could be ingsting to investigate if recovery of
suggested in Theorelm 1 is robust with respect to errors atilmt of the sampling points;.

(i) It is unclear if our approach based on predictabilitydi$crete time processes is applicable to
processes defined on multidimensional lattices. It coulmhtegesting to extend this approach on

functionsf : R? — R, using the setting from [12].

(iif) We used a predicting algorithm based on [2]. Instead,omuld use a predicting algorithm based
on [3].

(iv) Since we used a predicting algorithm [2] that does nquie that the spectrum of an underlying
process is actually vanishing on an arclhfwe can relax conditions of Theordrh 1. Instead of
processes vanishing on open séfswe can consider processes that vanish only at the middle
points of the intervals forming;; however, the rate of vanishing has to be sufficient, sityilar

[2].

(v) In theorenllL, we could replace the $6t(¢,,x—1)}x<s by the set{ f(t,k+1) ti>s- This would
require to replace the predicting algorithm on its backwagdsion which is rather technical.
In addition, Theoreni]1l applied t¢ transformed by a simple time shift allows to use sets
{f(tmr—a) }r<s foranyd € Z.
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¢é.¢ error,errorF]=decimated(100,2.5,0.4,0.3,0,0080,1,3,2,1,2)
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Figure 1: Approximation of the one-step forward shift operator: the values |K (eiw)
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