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Abstract

The classical sampling Nyquist-Shannon-Kotelnikov tle@ostates that a band-limited contin-
uous time function is uniquely defined by infinite two-sidednpling series taken with a sufficient
frequency. The paper shows that these band-limited fumetidiows an arbitrarily close uniform
approximation by functions that are uniquely defined byrtegtremely sparse subsamples repre-
senting arbitrarily small fractions of one-sided equigiigtsample series with fixed oversampling
parameter. In particular, for an arbitrarily large an arbitrarily small adjustment of a band-limited
underlying function makes redundapt. — 1) members of any sequence of members of the
sample. This allows to bypass, in a certain sense, thea#strion the sampling rate defined by
the critical Nyquist rate. Application of this approach tom general non-bandlimited functions
allows to approximate them by functions that are recoverfibim equidistant samples with arbi-
trarily large distance between sampling points.
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1 Introduction

The paper suggests a modification of the classical samgtiegrém that is also known as Nyquist-
Shannon theorem, Nyquist-Shannon-Kotelnikov theorem jttdker-Shannon-Kotelnikov theorem,
Whittaker-Nyquist-Kotelnikov-Shannon theorem, whichoise of the most basic results in the the-
ory of signal processing and information science. This tlostates that any band-limited function
can be uniquely recovered without error from a infinite tiaed equidistant sampling sequence taken
with sufficient frequency. This result was obtained indefggrtly by four authors [271, 11, 10,/14]. The
theorem imposes a restriction on the sampling rate definetthdoygritical Nyquist rate as the lower
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boundary of the sampling rate allowing recovery of the ulyiteg function. Numerous extensions of
this theorem were obtained, including the case of nonumifsampling and restoration of the signal
with mixed samples; see some recent literature review! i@ 17, 19, 22]. There were many works
devoted to reducing the set of sampling points requireddstaration of the underlying functions. In
particular, it is known that a bandlimited function can beawered without error from an oversampling
sample sequence if a finite number of sample values is unkndia known [18] that the function
can be recovered without error with a missing one-sideddfaahy oversampling sample sequence. It
is also known|[7] that the function can be recovered withaubrewith a missing equidistant infinite
subsequence consistentsah member of the original sample sequence, i.e. that aitimember is
redundant, under some additional constraints on the avgilgagy parameter. The constraints are such
that the oversampling parameter is increasing ¥ 2 is decreasing.

The present paper readdress the problem of reducing thelesaequired for reconstruction of
the underlying continuous time band-limited function. Wiew that an arbitrarily small adjustment
of a band-limited underlying function makes redundant — 1) members of any subsequencerof
members from an one-sided equidistant sample (Theblem Carallary[4). Thism can be selected
arbitrarily large, without increasing of oversampling qaeter for the underlying sampling points.
This allows to bypass, in a certain sense, the restrictiothersampling rate described by the critical
Nyquist rate. In addition, application of this approach torengeneral non-bandlimited functions allows
to approximate them by functions that are recoverable frgoidistant samples with arbitrarily large
distance between sampling points. This allows, in a cesainse, to overcome aliasing problem arising
in time discretization of non-bandlimited continuous tifoactions.

The corresponding recovery algorithm is based on a pathwesdicting algorithm (Propositidd 2).

2 Some definitions

We denote by.»(D) the usual Hilbert space of complex valued square integfablgtionsz : D — C,
whereD is a domain.
For f € Ly(R), we denote by’ = F f the function defined o¥R. as the Fourier transform gf;

Pliw) = (Fz)(iw) = / e~ f(1)dt, w € R.

—00

Herei = \/—1 is the imaginary unit. Fof € Ly(R)), the Fourier transforn# is defined as an element
of Ly(iR), i.e. F(i-) € Ly(R)).

ForQ > 0, let LQBL’Q(R) be the subset of.5(R) consisting of functionsf such thatf(t) =
(F7LF)(t), whereF (iw) € Ly(iR) and F'(iw) = 0 for |w| > Q}.



We denote byZ the set of all integers. Let us introduce some additionahtimts first.

Forr € [1,4+00], we denote by, the set of all sequences= {z(k)}rez C C, such that|z||,, =
(22 Ja(k)") " < +ooforr € [1,00) of e, = supgey (k)| < 400 for r = 4o,

We denote byL, (—m, ) the usual Banach space of complex valugdintegrable functions: :
[, 7] = C.

LetD° 2 {z e C:|z| >1},andletT = {z € C : |z| = 1}.

Forx € /5, we denote byX = Zx the Z-transform

o0

X(z) = Z z(k)z7% zeT.

k=—o00

Respectively, the inverse Z-transform= Z~' X is defined as

(k) 1/ X (e) e dw, k=0,£1,£2,....

== % .
Forx € ¢, the traceX|r is defined as an element 6%(T).
Let H"(D¢) be the Hardy space of functions that are holomorphicZ8nincluding the point at

infinity with finite norm || A2 (pey = sup,=.q [|2(pe™)) |1, (=) 7 € [1, +00].

3 The main results

Let us formulate first an one-sided modification of Nyquik&B&non-Kotelnikov Theorem; this modifi-
cation is known and follows from the result [18].

Lemmal LetQ) > 0 and7 € (0,7/Q] be given. Le{t; }rez C R be a sequence such thgt= 7k,
k € Z. Then a band-limited functiofi € L];L’Q(R) is uniquely defined by the sequerc&ty) }rcz-
Furthermore, ifr € (0,7/2), then, for anys € Z, a band-limited functiory L];L’Q(R) is uniquely
defined by the one sided-sequeigét )} <.

BL,S)

In particular, Lemmall implies that, for any finite s&t f € L, "(R) is uniquely defined by the
values{ f(tx) }rez\s: this was established in![6] by a different method. We camtaitn the same for
some infinite sets of missing values. For example, it may éagpatf < L];L’Q(R) is not uniquely
defined by the value$f (tor) } ez, if the sampling rate for this samplef (tox) }kez is lower than is
required by the Nyquist-Shannon-Kotelnikov Theorem; seeenexamples in [7].

LetQ > 0 andr € (0, 7/Q] be given.

Foré >0andm € Z, m > 1, let

2k —
Sm.k = , k=0,1,....m—1,
mT
Ism={weR: min |w-—syi <5}
’ k=0,1,...,m—1 ’



Definition 1 Letx € ¢, m > 1,6 > 0. We say that € V(6, m) if
X (e%) =0 for we Jsm, (1)
whereX = 271z,

Theorem 1 Letx € V(d, m) for somed > 0 andm € Z, m > 2. Then, for any € Z, the sequence
{x(mk + d)}kez is uniquely defined by the valu¢smk + d) }<s.

Definition 2 Letx € £5,6 > 0, m € Z, m > 1. Consider auxiliary processas; € ¢5,d =0, ...,m—1,
such that

zq(k) = z(k), k<O,
xzq(k) = x(0), k=0,1,..,d,
vak) =2k —d), k=d+1,d+2,... @)

In particular, 2o = 0. We say that: € U(5,m) if z4 € V(6,2%m) ford =0,1,....,m — 1.
Theorem 2 For anym € Z, m > 1, the setJs-oU/ (3, m) is everywhere dense if.

Theorem 3 For anys € Z andm € Z, m > 2, a processe € Us~olf (0, m) is uniquely defined by the
values{z(mk)}r<s.
Theorem4 Letm € Z,m > 2,Q >0, f € LQBL’Q(R), andr € (0,7/9], be given. Then for any

e > 0 there exists’ € LE“%(R) such that{ f (t;) }xez € U(5,m) and thatsup,g |f(t) — f(t)| < e.
For anys € Z, this functionfis unigquely defined by the valu@f(tmk)}kgs.

Remark 1 In the proof given below, we suggest an algorithm of caléoabf the complete sample

{f(tr)} ez from the set of value§f (¢,.x) }rx<s. This leads to recovery gf by standard methods.

Remark 2 In Theoreni}4, the valuecan be selected arbitrarily small, and can be selected arbitrar-
ily large. This means that selection of a largeand an arbitrarily small adjustment of a band-limited
function f (i.e. replacementf byf) makes redundant eve(yn — 1) members among any set af
samples. Since: can be arbitrarily large, the fraction of remaining samplbsit we need for recovery
can be arbitrarily small.

Remark 3 Theoreni# consider a subsequence of the left hand half oathplgg series; it is conve-
nient for representation of past historical observatiofts,instance, for predicting problems. However,
a similar statement can be formulated for a subsequenceedfight hand half of the sampling series.
More precisely, we could replace the def(t,.x)}x<s by the set{ f(t,.x)}i>q for anyq € Z. This
would require to replace the predicting algorithm in the pf® below on its backward version which is
rather technical.



Extension on non-bandlimited functions

Theoreni 4 offers an approach to a long standing problem opkiagnfor functions that are not neces-
sarily band-limited. Clearly, any € L;(R) N Lo(R) can be approximated by bandlimited functions
fo 2 f—l(FH[_Qm), F = Ff,whereQ? — +oo. However, for any given, the sample$ fo(7k) }rez

are insufficient to define the functiofy, if 2 > 7 /7. This means that the sampling frequency has to
be increasing along witf2. A related problem is aliasing of continuous time processtsr time
discretization.

It appears that Theorelm 1 allows to overcome this obstadecartain sense as the following.

Corollary 1 Letp € (0,1] be given. For anyf € Li(R) N La(R), ¢ > 0, and A > 0, there exist
Q) > 0 such that the following holds for arfy > Q:

() supier |f(t) — fa(t)| < e, wherefq = F~1Fy, Fo = FIj_qq, F = Ff.

(i) The functionfq belongs toL2**(R), and, forr = pr/Q, satisfies assumptions of Theorgm 1.
For this function, for any: > 0 there exists’ € L“}(R) such thatup,g |fo(t) — f(t)] < ¢
and thatfis uniquely defined by the valuéf(&k)}kgs for an equidistant sequence of sampling

points{fy } ez such that, — 0,1 > A, for anys € Z.

4 Proofs

Let/5™ be the subset df, consisting of sequencés: (k) } xcz such that: = Z~1 X for someX (e) €
Uweo,nL" (T). Letl5*(—oo,s) be the subset ofy(—oco, s) consisting of tracegz(k)} <, of all

x e 5t

Proposition 1 Foranyz € (5% (—oc, s), there exists an uniqu¥ € Uy, ¢ (o »L" (T) such thate (k) =
(Z71X) (k) for k < s.

By Propositior[ 1L, the futurdz(k)}.~s of a band-limited process = Z-'X, X € L"(T), is
uniquely defined by its historyiz (k) } <. This statement represent a reformulation in the detestiini
setting of the classical Szegd-Kolmogorov Theorem faiigtary Gaussian processes|[9, 115,116, 20].

Proof of Propositiori Il The proof follows from predictability results for bandahnited discrete time
processes obtained in [2, 3]. For completeness, we willideoa direct and independent proof. (This
proof can be found in [4]). LeD = {z € C : |z| < 1}. It suffices to prove that if:(-) € 5~
is such thatc(k) = 0 for k& < s, then eitherz(k) = 0 for k > sora ¢ (5% If (k) = 0 for
k > s, thenX = Zz = 2°Y(z), whereY € H?(D¢). Hence, by the property of the Hardy space,



Y ¢ UWG(O,W)]LW(T); see e.g. Theorem 17.18 from [13]. This completes the prbBfrapositior1.
]

Proof of Lemmall

The result of the lemma is known [18]. We provide a differerqs since we will use this proof for the
proof of Theoreni 11.

Consider a sequence of samples
1 [ .
z(k) = f(ty) = —/ F (iw) e“%dw, k=0,41,+2, ...
2 o)

Sincet;, = k7, we have that
1 7 7

; 1 ) )
xz(k) = Py . F (iv/T) ek dy — o ) G (e“’) oV gy,

The functionG here is such tha® (¢”) = 7~ F(iv/7) for v € (=7, 7); we have used a change of
variablesy = wr. SinceF (iv/7) € Ly(iR), it follows thatG (™) € Lo(T). The two-sided sequence
{z(k)}rez represents the sequence of Fourier coefficients @ind defines uniquelg as well ast
and f; this gives the statement of the Nyquist-Shannon-Kotemikheorem. Further, if < 7/ then
x € 5"

In this case, Propositidd 1 implies that a sequence #%ms uniquely defined by its trace on the set
{k < 0}. It follows that the functionf is uniquely defined by the sequenge(k)}r<o = {f(tx) }x<o-
This completes the proof of Lemrha L.

Proof of Theoren1l It suffices to proof the theorem far = 0 only; the extension o’ # 0 is
straightforward.

Let H be the set of alk € /., such that, = Z~1H for someH € H*>(D¢). For theseh, we have
thath(k) =0if £ < 0.

Proposition 2 For anyq € {0,1,...,m — 1} and anys > 0, there exist, € H such that

sup [z(mk +q+m) —y(mk +q)| < ¢ 3)
keZ

for anyxz € V(6,m), where

k
J(mk +q) = > h(mk — mp)z(mp + q). 4)

p=—00

The procesg is the output of a linear predictor defined by the kerrels



Proof of Propositio 2 Let

V(z) &1 —exp [— ] , (5)

2+«

wherea = 1 —~~" and where- > 0 andy > 0 are parameters. This functidnwas introduced in [2].
(In the notations from [2]y = 2u/(q¢ — 1), wherep > 1, ¢ > 1 are the parameters).
Let W (a) = arccos(—a), let Do (a) = (=W (a), W(a)), and letD(a) = [—7, 7]\ D (). We
have thatos(W («)) + a = 0, cos(w) + a > 0 forw € Dy (a), andcos(w) + a < 0 forw € D(«).
Note thate = a(y) — 1 asy — +oc.

It was shown in[[2] that the following holds:
(i) V(z) € H*(D®) andzV (z) € H>* (D).
(i) V(e®)— 1forallw e (—m,7) asy — +oo.
PRI

(i) If w e D, (a)thenRe (L) > 0and|V (e®) — 1] < 1.

The definitions imply that there existg > 0 such that for anyy > ~, and forV selected with
a = a(y) we havesup,,c(—x, -\ J, [V (™) —1] < 1.
We will prove that the predicting can be ensured by kerhels Z—1 [ represented as

H(z) 2 2V (z™), (6)

This predictor produces the procegs) approximatingy(t) = (¢t + 1) asy — +oc for all inputs
x € V(d,m).
Let

W(a) 4 27k 27 — W(a) + 27Tk7> ’ Q+(a) = [-m, 7]\ Qo).

Qa) = Ui ( ,

m m

From the properties df’, it follows that the following holds.
(i) V(z™) € H*(D¢) andH(z) £ 2V (2™) € H>®(D").
(i) V (e"™v) —» 1forallw e (—m, )\ {TSk,m}Zn:_ol asy — +oo.
(i) If w € Q4(a) thenRe (2 ) > 0 and|V () — 1] < 1.

By the choice ofV/, it follows that|V (z)| — 0 as|z| — +oo. Hencev(0) = 0 forv = Z~1V.
HenceV (2™) = z~™v(1)+ 2~ 2™0(2) +2~3™v(3).... HenceH (z) = 2V (z™) is such thah, = Z—1H
belongs to the clasH.



It can be noted that is real valued, sincél (2) = H (2).

Figured 1 and]2 show examples of the shape of error curvepfooximation of the forward one
step shift operator. More precisely, they show the shapél dk’) — e'| for the transfer functiori{6),
and the shape of the corresponding predicting kefineith some selected parameters.

Suppose that we are givenc V(5,m), X £ Zz,Y(z) = 2X(2). LetY £ Zjj = HX.

Let B be the unit ball irds. Let us show that

sup |z(k+1) —y(k)] -0 as v — +oo uniformly over z € V(5,m)N B. (7)
kEZ

Lety(t) = z(t +m) andY = Zy. We have thaflY (¢) — Y () Iy (=r,m) = I1 + 12, where

I = / Y () - P () [dw, I = / Y () — ¥ () |dw.
Q) Q+()
By the definitions, there existg > 0 such that, for ally > ~,, we have that
Q(Oé) C I(imv Il =0. (8)

This means that; — 0 asy — +oo uniformly overx € V(§, m) N B.
Let us estimatd,. By the known properties of, we have thatV (¢"™) — 1| < 1for all w €
Q+ (). We have that

b= [ H @ DX () o< [ eV ()X (e)
Qo) Q(a) |
S ||1 a V (ezmw) ||L2(Q+(O‘))HX (elw) ||L2(—7r,7r)-

We have thafl, () (w)|1 — V (e"™) | — 0 a.e. asy — +oo, wherel is the indicator function.
We have that

]IQJF(OC)(W)H -V (€imw) ‘ <1

From Lebesgue Dominance Theorem, it follows that- V' (") || 1,0, (a)) — 0 @Sy — +o0. It
follows thatl; + I, — 0 uniformly overz € V(§, m) N B. Hence[(¥) holds and

sup |z(k+1) —y(k)] -0 as v — +oo uniformly over z € V(§,m)N B.
keZ

Hence the predicting kerne;lAﬁ(-) = Z-1[ are such as required. This completes the proof of Proposi-
tion[2. O

We now are in the position to complete the proof of of Theokénit $uffices to prove that it is
such thate(km) = 0 for k < s, thenz(km + ¢) = 0 for k > s. Let us apply predictability established
above to a process € V(8,m) such thatz(km) = 0 for k < s. Letji(km +¢) = SF____ h(km —

p=—00

8



pm)z(pm + q), whereh are selected as above. Cleafljkm + q) = 0 if km < s. Lettingy — +oo,
we obtain from the predictability of established in Propositidn 2 thatkm + ¢ + m) = 0.

Further, let us apply the proof given above to the proag$gm + ¢q) = z(km + q + m). Clearly,
xz1 € V(§,m) andzxi(km + q) = 0 for & < s. Similarly, we obtain that:; (km + ¢) = 0 for all
k < s+ 1. Repeating this proceduretimes, we obtain that(km + ¢) = 0 for all £ < s + n for all
n. This completes the proof of Theorém(1.

Proof of Theorerh2Letd € {0, 1, ...,m — 1} be selected, and let

27k — 7
d) =24 = d=0,..m—1, k=0,1,...u(d) — 1.
:u( ) m, Su(d),k ,U(d)T ) y ey 1ML ) y Ly 7/1’( )
Ford > 0, let
[57M(d) = {w ceR: k:O,l?.l.i,E(d)—l \w — Su(d),k’ < (5}

Let us show that, for small > 0, the sets/s ,4) are disjoint for different € {0,...,m — 1}. It
suffices to show that,,q,) 1. # Su(d,), If d1 # d2 forall k,1 € Z. Suppose that,4,) 1 = S,(d,), for
somek, ! € Zfor dy = dy + r, for somed,, ds € {0,1,...,m — 1} such that- = dy — d; # 0. In this
case, the definitions imply that

2k—1  20-1
24 d2

This means tha" (2k — 1) = 2/ — 1, and, therefor@k — 1 = 2"(2] — 1). This is impossible for > 0.
Hence the set$; ;) are disjoint for differentd € {0, ...,m — 1} for small§ > 0. Without a loss of
generality, we assume tha&used below have this properties.
Consider auxiliary processeg € /5, defined by[(R) fodl = 0,1, ...,m — 1. In particular,zg = 0.
LetY; £ Xy — Xy, whereXy = Zx4,d = 0,1, ..., d. Sincexzy(k) = zo(k) for k < 0, it follows
thatyy(k) = 0fork < 0fory; = 27y, d = 1,2,...,m — 1; in addition,Yy = 0 andyy = 0. Further,
let

m—1
Xo (€)= Xo (¢*) Logup=tss iy dz_l Ya (%) e sy ma}-

Let Xy = Xo—Yyford =1,...,m— 1. By the definitions, it follows thak; (¢*) = 0 for w € Js .4,
d = 0,1,...,m — 1. HenceZy = Z'X; € V(6,uu(d)) for d = 0,1,...,m — 1. It follows that
x = xog € U(5,m). In addition,z,(k) = Zo(k), for k < 0 andd = 1,2,...,m — 1. Clearly,
|Zo — xolle, — 0 @asé — 0. This completes the proof of Theorém(2.

Proof of Theoreril3Letz € ¢,. Consider again auxiliary processes € (5, defined by[(R) for
d=0,1,...,m—1. By Theoreni L, the pathist;(mk) } ,>1 = {Zo(mk — d) }x>1 and{zs(mk) } <o =



{Zo(mk) }r<o are uniquely defined by the path8;(mk)}r<s = {Zo(mk)}r<s. The same proposition
applied backward in time implies that the paffi (mk — d)}r<o are uniquely defined by the paths
{Zo(mk — d) }x>1 (see Remarkl3 above). This completes the proof of Thebtem 3.

Proof of Theorenil4 Let z(k) = f(tx) for k € Z. By Theoreni R, for any > 0, there exist
6 = 6(e) > 0andz € U(d,m) such that|z — xo|l,, < e. Further, there exists a unique function
f e LE%(R) such thatf(ty) = Z(k) for all k € Z. Let F = Ff. It follows that ||F(i-) —
F(i')||L,m) — 0 @se — 0, whereF = Ff. SinceF(iw) = 0 andF(iw) = 0if |w| > €, it follows
that | F'(i-) — F(i-)||, ) — 0 ase — 0. Hencel|f — ||z, ) — 0 ase — 0 for p = 2, +00. This
completes the proof of Theordm @.

Proof of Corollary(1.We have that

sup /(1) = falt)] = 5= | 1F(iw) = Fa(iw)lde
1

= — |F(iw)|dw — 0 as Q — +oo, m — +o0.
21 Jr\[-0,9]

Then statement (i) follows. The functigfy, has the same properties as the functfoim TheorenB.
This completes the proof of Corollary @

5 An algorithm of recovery of fe U (6, m) from a decimated sample

The present paper targets the theoretical aspects of pigsbrecovering functions from decimated
samples rather than numerical methods. However, the pavefsased on construction of a recovering
algorithm that still may have a potential for practical apations.

To apply the classical Nyquist-Shannon-Kotelnikov Theoffer the data recovery, one has to re-
store the Fourier transforth = }‘ffrom the two-sided sampling seriéf(tk)}kez. This procedure is
relatively straightforward. The algorithm used in the grobTheoreni 1 requires to restore Z-transform
G (e“’) = ﬁ(z‘w/r) from sparse subsequences using predicting algorithmseasitie one described
in Propositior 2. This task is feasible but numerically &vaging.

Let us summarize the steps implied by Theofém 1 for recové@ @ U(d, m) from the sample

{f(tmk) }k<o under the assumptions of Theorem 1 with a fi¥ed@he algorithm requires the following

steps:

() For a givene > 0, find  that ensures thatl(3) holds farconstructed as described above with

this~.

(i) Using (3), estimatery(km — d)|x>1 = Zq(km)|g>0 from Zo(km)|,<o = Zq(km)|k<o, Where

f(tx) =Z(k),d=1,...,m — 1, and wherez; are formed as i (2).

10



(i) Using an anticausal modification of1(3) applied backdjaestimatez(km — d)|x<o from
aj\o(k?m — d)|k21 ford=1,....,m —1.

(iv) Accept the values (k) as estimates of the valuﬁtk).

(v) Restoref from the complete sampl{af(tk)}kez.

It can be noted that the choice ©in (3) controls the size of the error for given that the cortgple
sequences = {z(k)}rez = {f5(tx) }rez are normalized such thét:||,, < 1. However, the complete
sequences are unknown a prior and have to be calculated feabsample. If the normiz||,, of the
calculatedr will be larger than one, than the error may exceedio achieve higher precision, one may
need to repeat the steps listed above with a smaller

Some examples of applications of related predicting allgar$ can be found in[[5].

6 Discussion and future developments

() It could be interesting to find non-equidistant infinittsthat can be redundant for recoverability
of the underlying function. In particular, it could be ingsting to investigate if recovery of
suggested in Theorelm 1 is robust with respect to errors atilmt of the sampling points;.

(i) It is unclear if our approach based on predictabilitydiécrete time processes is applicable to
processes defined on multidimensional lattices. It coulmhtegesting to extend this approach on

functionsf : R? — R, using the setting from [12].

(i) 1t can be noted that the choice of predicting kernelegemted in the proofs above is not unique.
For example, we could use a predicting algorithm from [3{easl of the the predicting algorithm
based on |2] that was used in the present paper.

(iv) Since we used a predicting algorithm [2] that does nquies that the spectrum of an underlying
process is actually vanishing on an ardpfve can relax conditions of Theorém 1. Instead of the
condition that the spectrum vanishes on open gts we can require that the spectrum vanishes
only at the middle points of the intervals forming,,,; however, the rate of vanishing has to be

sufficient, similarly tol[2].

(v) It seems that a practical recovery of the sample basechenréni B and the algorithm described
above is numerically challenging. So far, this possibilgyather theoretical, since the presence
of noise in the data can cause a significant error. The algorif recovering of the complete

sampling sequencds: (k) }rez = {f(tx) }rez from a decimated sequence uses the linear predic-
tor defined by the transfer functiod given by [6) that approximate the functiett representing

11



the forward one step shift in the time domain; the valége™) — | are small fow ¢ Q(«).
However, the errorH (¢™) — ¢ for w € Q(«) rise sharply asnesQ(a) — 0, i.e. ife — 0
or v — +oo in Propositior 2; this can be seen on Figures 1[dnd 2. This srtban the presence
of a noise, i.e.X, (¢™) # 0 forw € Js (4, can imply a significant error for large or small
6. We leave investigation of robustness and experiments pvdhtical implementation for the
future research.
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Figure 1: Approximation of the one-step forward shift operator: the values ‘ﬁ (eiw) — €| for the

transfer function of the predictor (B) and the values of the corresponding kernel h with v = 2.5,
r=04,m=2.
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Figure 2: Approximation of the one-step forward shift operator: the values |I:T (ei“) — €| for the
transfer function of the predictor (@) and the values of the corresponding kernel h with vy=4,r =04,

m = 4.
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