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Abstract

Recurrent neural networks (RNNs) have drawn interest from machine learning researchers be-
cause of their effectiveness at preserving past inputs for time-varying data processing tasks. To
understand the success and limitations of RNNS, it is critical that we advance our analysis of their
fundamental memory properties. We focus on echo state networks (ESNs), which are RNNs with
simple memoryless nodes and random connectivity. In most existing analyses, the short-term mem-
ory (STM) capacity results conclude that the ESN network size must scale linearly with the input
size for unstructured inputs. The main contribution of this paper is to provide general results char-
acterizing the STM capacity for linear ESNs with multidimensional input streams when the inputs
have common low-dimensional structure: sparsity in a basis or significant statistical dependence
between inputs. In both cases, we show that the number of nodes in the network must scale linearly
with the information rate and poly-logarithmically with the input dimension. The analysis relies on
advanced applications of random matrix theory and results in explicit non-asymptotic bounds on
the recovery error. Taken together, this analysis provides a significant step forward in our under-
standing of the STM properties in RNNs.

Keywords: short-term memory, recurrent neural networks, sparse signal recovery, low-rank re-
covery, restricted isometry property
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1. Introduction

Recurrent neural networks (RNNs) have drawn interest from researchers because of their effective-
ness at processing sequences of data (Jaeger, 2001; Lukosevicius, 2012; Hinaut et al., 2014). While
deep networks have shown remarkable performance improvements at task such as image classi-
fication, RNNs have recently been successfully employed as layers in conventional deep neural
networks to expand these tools into tasks with time-varying data (Sukhbaatar et al.; Gregor et al.,
2015; Graves et al., 2013; Bashivan et al., 2016). This inclusion is becoming increasingly important
as neural networks are being applied to a growing variety of inherently temporal high-dimensional
data, such as video (Donahue et al., 2015), audio (Graves et al., 2013), EEG data (Bashivan et al.,
2016), two-photon calcium imaging (Apthorpe et al., 2016). Despite the growing use of both deep
and recurrent networks, theory characterizing the properties of such networks remain relatively
unexplored. For deep neural networks, much of the computational power is often attributed to flex-
ibility in learned representations (Mallat, 2016; Vardan et al., 2016; Patel et al., 2015). The power
of RNNs, however, is tied to the ability of the recurrent network dynamics to act as a distributed
memory substrate, preserving information about past inputs to leverage temporal dependencies for
data processing tasks such as classification and prediction. To understand the success and limita-
tions of RNN:g, it is critical that we advance our analysis of the fundamental memory properties of
these network structures.

There are many types of recurrent network structures that have been employed in machine learn-
ing applications, each with varying complexity in the network elements and the training procedures.
In this paper we will focus on RNN structures known as echo state networks (ESNs). These net-
works have discrete time continuous-valued nodes z[n] € RM that evolve at time 7 in response to
the inputs s[n] € R” according to the dynamics:

x[n+ 1] = f(Wx[n| + Zs[n] + €[n]), (D

where W € RM*M s the connectivity matrix defining the recurrent dynamics, Z € RM*! is the
weight vector describing how the input drives the network, f(-) : R — RM is an element-wise
nonlinearity evaluated at each node and €[n] € R represents the error due to potential system im-
perfections (Jaeger, 2001; Wilson and Cowan, 1972; Amari, 1972; Sompolinsky et al., 1988; Maass
et al., 2002). In an ESN, the connectivity matrix W is random and untrained, while the simple
individual nodes have a single state variable with no memory. This is in contrast to approaches such
as long short-term memory units (Sak et al., 2014; Lipton et al., 2016; Kalchbrenner et al., 2016)
which have individual nodes with complex memory properties. As with many other recent papers,
we will also focus on linear networks where f(-) is the identity function (Jaeger, 2001; Jaeger and
Haas, 2004; White et al., 2004; Ganguli et al., 2008; Ganguli and Sompolinsky, 2010; Charles et al.,
2014; Wallace et al., 2013).

The memory capacity of these networks has been studied in both the machine learning and
computational neuroscience literature. In the approach of interest, the short-term memory (STM) of
a network is characterized by quantifying the relationship between the transient network activity and
the recent history of the exogenous input stream driving the network (Jaeger and Haas, 2004; Maass
et al., 2002; Ganguli and Sompolinsky, 2010; Wallace et al., 2013; Verstraeten et al., 2007; White
et al., 2004; LukoSevicius and Jaeger, 2009; Buonomano and Maass, 2009; Charles et al., 2014).
Note that this is in contrast to alternative approaches that characterize long-term memory in RNNs
through quantifying the number of distinct network attractors that can be used to stably remember
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input patterns with the asymptotic network state. In the vast majority of the existing theoretical
analysis of STM, the results conclude that networks with M nodes can only recover inputs of length
N < M (White et al., 2004; Wallace et al., 2013) when the inputs are unstructured.

However, in any machine-learning problem of interest, the input statistical structure is precisely
what we intend to exploit to accomplish meaningful tasks. For one example, many signals are
well-known to admit a sparse representation in a transform dictionary (Elad et al., 2010; Davies and
Daudet, 2006). In fact, some classes of deep neural networks have been designed to induce sparsity
at higher layers that may serve as inputs into the recurrent layers (LeCun et al., 2010; Kavukcuoglu
et al., 2010). For another example, a collection of time-varying input streams (e.g., pixels or image
features in a video stream) are often heavily correlated. In the specific case of single input streams
(L = 1) with inputs that are K-sparse in a basis, recent work (Charles et al., 2014) has shown
that the STM capacity can scale as favorably as M = O (Klog?’(N)) < N, where vy > lis a
constant. In other words, the memory capacity can scale linearly with the information rate in the
signal and only logarithmically with the signal dimension, resulting in the potential for recovery
of inputs of length N > M. Unfortunately, existing analyses (Jaeger, 2001; White et al., 2004;
Ganguli and Sompolinsky, 2010; Charles et al., 2014) are generally specific to the restricted case of
single time-series inputs (L = 1) or unstructured inputs (Verstraeten et al., 2010).

Conventional wisdom is that structured inputs should lead to much higher STM capacity, though
this has never been addressed with strong analysis in the general case of ESNs with multidimen-
sional input streams. The main contribution of this paper is to provide general results characterizing
the STM capacity for linear randomly connected ESNs with multidimensional input streams when
the inputs are either sparse in a basis or have significant statistical dependence (with no sparsity as-
sumption). In both cases, we show that the number of nodes in the network must scale linearly with
the information rate and poly-logarithmically with the total input dimension. The analysis relies on
advanced applications of random matrix theory, and results in non-asymptotic analysis of explicit
bounds on the recovery error. Taken together, this analysis provides a significant step forward in our
understanding of the STM properties in RNNs. While this paper is primarily focused on network
structures in the context of RNNs in machine learning, these results also provide foundation for the
theoretical understanding of recurrent network structures in biological neural networks, as well as
the memory properties in other network structures with similar dynamics (e.g., opinion dynamics in
social networks).

2. Background and Related Work

2.1 Short Term Memory in Recurrent Networks

Many approaches have been used to analyze the STM of randomly connected networks, including
nonlinear networks (Sompolinsky et al., 1988; Massar and Massar, 2013; Faugeras et al., 2009;
Rajan et al., 2010; Galtier and Wainrib, 2016; Wainrib, 2015) and linear networks (Jaeger, 2001;
Jaeger and Haas, 2004; White et al., 2004; Ganguli et al., 2008; Ganguli and Sompolinsky, 2010;
Charles et al., 2014; Wallace et al., 2013) with both discrete-time and continuous-time dynamics.
These methods can be broadly be classified as either correlation-based methods (White et al., 2004;
Ganguli et al., 2008) or uniqueness methods (Jaeger, 2001; Maass et al., 2002; Jaeger and Haas,
2004; Charles et al., 2014; Legenstein and Maass, 2007; Biising et al., 2010). Correlation methods
focus on quantifying the correlation between the network state and recent network inputs. In these
studies, the STM is defined as the time of the oldest input where the correlation between the network
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state and that input remains above a given threshold (White et al., 2004; Ganguli et al., 2008). These
methods have mostly been applied to discrete-time systems, and have resulted in bounds on the STM
that scale linearly with the number of nodes (i.e. M > N).

In contrast, uniqueness methods instead aim to show that different network states correspond
to unique input sequences (i.e. the network dynamics are bijective).1 For uniqueness methods,
the STM is defined as the longest input length where this input-network state bijection still holds.
These methods have been used under the term separability property for continuous-time liquid
state machines (Maass et al., 2002; Vapnik and Chervonenkis, 1971; Legenstein and Maass, 2007;
Wallace et al., 2013; Biising et al., 2010) and under the term echo-state property for discrete-time
ESNs (Jaeger, 2001; Yildiz et al., 2012; Buehner and Young, 2006; Manjunath and Jaeger, 2013).
The echo-state property is the method most related to the approach we take here, and essentially
derives the maximum length of the input signal such that the resulting network states remain unique.
While this property guarantees a bijection between inputs and network states, it does not take into
account input signal structure, does not capture the robustness of the mapping, and does not provide
guarantees for stably recovering the input from the network activity.

2.2 Compressed Sensing

The compressed sensing literature and its recent extensions include many tools for studying the
effects of random matrices applied to low-dimensional signals. Specifically, in the basic compressed
sensing problem we desire to recover the signal s € R from M measurements2 generated from a
random linear measurement operator,

x=A(s) +e 2)

where € € RM represents the potential measurement errors. Typically, s is assumed to have low-
dimensional structure and recovery is performed via a convex optimization program. The most
common example is a sparsity model where s can be represented as

s =Wa,

where ¥ € RV*¥ is a transform matrix and a € R¥ is the sparse coefficient representation of s
with K < N of its entries non-zero. Under this sparsity assumption, the coefficient representation
is recoverable if the linear operator A satisfies the restricted isometry property (RIP) that guarantees
uniqueness of the compressed measurements. Specifically, we say that 4 satisfies the RIP(2K,9) if
for every 2 K -sparse signal s, the following condition is satisfied:

C(1-0) <[l Asll3/|lsll; < C(1+9),

where 0 < 6 < 1 and C > 0 is a positive constant. When A satisfies the RIP(2K,9) the sparse
coefficients a can be recovered by solving an ¢;-norm based optimization function

a = argmin ||a||; suchthat |lz —A(¥a)||, <€y, 3)
a

1. We note that uniqueness-based methods imply recovery-based methods, modulo a recovery algorithm, as often re-
covery guarantees are based on some semblance of a bijection.

2. In the case of RNNs, the network node values act as the measurements of our system, prompting the use of M as the
number of measurements in this section
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up to a reconstruction error given by
|7 (s - SK)Hl
\/[? )
where « and ( are constants (Candes et al., 2006). The first term of this recovery error bound de-
pends on the norm of the measurement error €, while the second term depends on the ¢; difference
between the true signal and the best K -sparse approximation of the true vector (sg). This term es-
sentially measures how closely the signal matches the sparsity model. The ¢; optimization program
in (3) required for recovery can be solved by many efficient algorithms, including neurally plausible
architectures (Rozell et al., 2010; Balavoine et al., 2012; Shapero et al., 2014; Charles et al., 2012).
When the data of interest is a matrix S € RZ*N other low-dimensional models have also
been explored. For example, as an alternative to a sparsity assumption, the successful low-rank
model assumes that there are correlations between rows and columns such that .S has rank R <
min{L, N}. We can then write the decomposition of the matrix as

S=QV",

where Q € RE*% and V* € REXN | There is a rich and growing literature dedicated to establishing
guarantees for recovering low-rank matrices from incomplete measurements. Due to the difficulty
of establishing a general matrix-RIP property for observations of a matrix (Recht et al., 2010), the
guarantees in this literature more commonly use the optimality conditions for specific optimization
procedures to show that the resulting solution has bounded error with high probability. The most
common optimization program used for low-rank matrix recovery is the nuclear norm minimization,

Is =3l < aflell, + 5

“

S = argm&nHS!\* such that ||z — A (S)|], < ||€]ll5, 5)

where the nuclear norm ||S]|, is defined as the sum of the singular values of S (Candés and Tao,
2010; Candes and Plan, 2010; Recht et al., 2010; Chen and Suter, 2004; Fazel, 2002; Singer and Cu-
curingu, 2010; Toh and Yun, 2010; Liu and Vandenberghe, 2009; Jaggi et al., 2010). This optimiza-
tion procedure is similar to the ¢;-regularized optimization of Equation (3), however the nuclear-
norm induces sparsity in the singular values rather than the matrix entries directly.

The solution to Equation (5) can be shown to satisfy performance guarantees via the dual-
certificate approach (Candes and Plan, 2010; Ahmed and Romberg, 2015). This technique is a
proof by construction and shows that a dual certificate (i.e., a vector whose projections into and
out of the space spanned by the singular vectors of S are bounded) exists. Showing that such a
certificate exists demonstrates that Equation (5) converges to a valid solution and is key to deriving
accuracy bounds (Candes and Plan, 2010; Ahmed and Romberg, 2015). Specifically, if the dual
certificate exists, then the solution to Equation (5) satisfies the recovery bound

= 2NL+ M
55, < (1fminiv nEEV ) 6
‘ ’ - ( min( ) i +2]e (6)
where the Forbenius norm | - ||% is defined as the sum of the squares of all the matrix entries. This

bound demonstrates that perfect recovery is achievable in the case where there is no error (¢ = 0).
We note that alternate optimization programs with similar guarantees have been proposed in the
literature for inferring low-rank matrices (i.e. Ahmed and Romberg, 2015), but we will focus on
nuclear norm optimization approaches due to the extensive literature on nuclear-norm solvers and
the connections to sparse vector inference.
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2.3 STM Capacity via the RIP

The ideas and tools from the compressed sensing literature have recently been used to show that
a-priori knowledge of the input sparsity can lead to improvements recovery-based STM capacity
results for ESNs. For a single input stream under a sparsity assumption, Ganguli and Sompolinsky
(2010) analyzed an annealed version of the network dynamics to show that the network memory
capacity can be larger than the network size. Building on this observation, Charles et al. (2014)
provided an analysis of the exact network dynamics in an ESN (for the single input case of L = 1),
yielding precise bounds on a network’s STM capacity captured in the following theorem:

Theorem 1 (Theorem 4.1.1, Charles et al., 2014) Suppose N > M, N > K, N > O(l),3 and
L = 1. Let U be any unitary matrix of eigenvectors (containing complex conjugate pairs) of the
connectivity matrix W and for M an even integer, denote the eigenvalues of W by {e7*m },]‘,{:1. Let

the first M /2 eigenvalues ({e’ wm}n]\ﬁ 21 ) be chosen uniformly at random on the complex unit circle
(i.e., {wm}f\rﬁ 21 is uniformly distributed over [0, 2)) and the other M /2 eigenvalues as the complex
conjugates of these values. Furthermore, let the entries of the input weights z be i.i.d. zero-mean

Gaussian random variables with variance ﬁ Given RIP conditioning § and failure probability
N-log'N < <L g
f— —_— e)

K _
M > Cspi? (@) log® (N) log(n ™),
then for a universal constant C, with probability 1 — 1 the mapping of length-N input sequences
into M network state variables satisfies the RIP(2K, J).

This theorem proves a rigorous and non-asymptotic bound on the length of the input that can
be robustly extracted from the network nodes. By showing the RIP property on the network dy-
namics, the recovery bound given in Equation (4) establishes the recovery performance for any
N-length, K-sparse signal from the resulting network state at time N. In short, the number of
required nodes scales linearly with the information rate of the signal (i.e., the sparsity level) and
poly-logarithmically with the length of the input. The coherence factor u?(¥), defined as

N-1
\I'm ne—jtm

)

u(¥)= max sup
n=1,...N y¢[0,27]

Y

m=0

expresses the types of sparsity that are efficiently stored in the network. Essentially this coherence
factor is large (on the order of v/ V') for inputs sparse in the Fourier basis, and is very low (essentially
a small constant) for inputs that are sparse in bases different from the Fourier bases (e.g. wavelet
transforms). For the extreme case of Fourier-sparse inputs, the number of nodes must again exceed
the number of inputs. When this coherence is low and K < M, this bound is a clear improvement
over existing results as it allows for N > M. However, this result is restricted to single input
streams with one type of low-dimensional structure. The current paper addresses the much more
general problem of multidimensional inputs and other types of low-dimensional structure.

3. We use O(1) notation to indicate that a variable is a finite constant.
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Figure 1: Echo-state networks can efficiently store inputs with a variety of low-dimensional struc-
tures. Top-Left: With a single input stream, the coefficients a represent chunks of activity
in the input stream s[n] (shown in red boxes). The raw input stream values then drive the
network via Equation (1), resulting in a transient network state x[N] that encodes the
input stream. Top-Right: In the case of multiple inputs that are jointly sparse, each co-
efficient can now represent a chunk of activity both across time and across input streams
(as depicted by the red boxes). Bottom: When the multiple input streams are instead
low-rank, each input stream is instead described by a linear combination of prototypical
vectors vy. The matrix () represents how the prototypical vectors are combined in order
to obtain the input sequences fed into the network.

3. STM for Multi-Input Networks

In this work we will use the tools of random matrix theory to establish STM capacity results for
recurrent networks under the general conditions of multiple simultaneous input streams and a variety
of low-dimensional models. The temporal evolution of the linear network with multiple inputs is
similar to the previous ESN definition, with the main difference being that the input at each time-step
s[n] € R¥ is a length L vector that drives the network through a feed-forward matrix Z € RM*1
rather than a feed-forward vector,

L
zln] = Waln— 1+ > zsn] +€n]
=1
= Wxn — 1]+ Zs[n] + €[n]. (7)

We denote the columns of Z as z; to separately notate the vectors mapping each input stream.
We can write the current network state as a linear function of the inputs by iterating Equation (7),

N
xz[N] = Z WNEZs[k] + e,
k=1
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where the error term € = Z]kvzl WN=ke[k] is the accumulated error, and then rewriting sum as a
matrix-vector multiply,

zIN] = [Z.WZ,-- WY 2] [sT[N].sT[N ~ 1], sT[1]]" +e

Depending on the signal statistics in question, we will find it convenient in some cases to express
the network dynamics in terms of a linear operator applied to an input matrix, i.e.

z[N] = A(S) + e,

T . .
where S = [sT[N], s [N —1],---,sT[1]] . In other cases, we find it more convenient to reorga-
nize the columns into an effective measurement matrix applied to a vector of inputs. By defining
the eigen-decomposition of W = U DU ~!, we can re-write the dynamics process as

z[N] = U[DU~'2,DU'Z,--- ,D"'U'Z] [s"[N],s"[N —1],--- ,s"[1]]" +e.

To simplify this expression, we can reorganize the columns of the linear operator (and the rows of
the vector of inputs) such that all the inputs corresponding to the /! input vector z; create a single
block. The k" row of the [** block of out matrix is now represented by D*~1U ~'z;, which can be
written as Zldk_l, where Zl = U~ '2z; and dj,_; is the vector of the diagonal elements of D raised
to the (k — 1) power. We can more concisely by defining the matrix F consisting of the eigenvalues
of W raised to different powers (i.e. F; j = d! 71), resulting in the expression

m[N]:U ZIF722Fa"' 7ZLF] [3{,8;,'-- ,Sg]T‘f’G:Ag“‘G. (8)

Since the eigenvalues of W here are restricted to reside on the unit circle, we note that F' is a
Vandermonde matrix whose rows are Fourier basis vectors. From Equation (8) we see that the
current state is simply the sum of L compressed input streams, where the compression for each block
essentially performs the same compression as for a single stream, but modulated by the different
feed-forward vectors z;.

3.1 Sparse Multiple Inputs

To begin, we consider the direct extension of previous results based on sparsity models to the multi-
input setting. In this setting we consider the model where the composite of all input signals is sparse
in a basis ¥ € RVEXNL g0 that 5 = Wa. This means that each signal stream can be written as
s1= Y k_ Whka, where WhF is the {1, k}" N x N block of . This signal model captures depen-
dencies between input streams because a given coefficient can influence multiple channels. While
in many application the basis W is pre-specified (i.e. wavelet decomposition in image process-
ing; Christopoulos et al., 2000), these bases can also be learned from exemplar data via dictionary
learning algorithms (Olshausen and Field, 1996; Aharon et al.). This sparsity model can be a useful
model for signals of interest, such as video signals, where similar sparse decompositions have been
used for action recognition (Guha and Ward, 2012) and video categorization (Chiang et al., 2013).
With this model, we will use a generalized notion of the coherence parameter used in (Charles et al.,
2014):

SN glt emitm
ps (¥) = max  max = :

Lk=1,...Ln=1,..N yc(0 2n] H‘I’lr’sz

€)
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In this case, each NV x N block must be different from the Fourier basis to achieve high STM
capacity. This restriction is reasonable, since if a single sub-block of ¥ was coherent with the
Fourier basis, then at least one input stream could be sparse in a Fourier-like basis and hence would
be unrecoverable. Using this network and signal model, we obtain the following theorem on the
stability of the network representation:

Theorem 2 Suppose NL > M, N > K and N > O(1). Let U be any unitary matrix of eigenvec-
tors (containing complex conjugate pairs) and the entries of Z be i.i.d. zero-mean Gaussian random
variables with variance ﬁ For M an even integer, denote the eigenvalues of W by {e]w"”}%:l.

Let the first M /2 eigenvalues ( {ej“’m}n]‘;[fl ) be chosen uniformly at random on the complex unit

circle (i.e., we chose {wm}n]\;ffl uniformly at random from [0,27)) and the other M /2 eigenval-

ues as the complex conjugates of these values. For a given RIP conditioning 0, failure probability
4

N-lg' N < p < % and coherence g (W) as defined as in Equation (9), if

K _
M > Czpi§ (®)log” (NL)log(n ™),
then A satisfies RIP-(2K, 0) with probability exceeding 1 — 1) for a universal constant C.

The proof of Theorem 2 is provided in Appendix A.1. Note that when L = 1, Theorem 2 reduces
to Theorem 1. In this result we see that that the number of nodes relies only linearly on the un-
derlying dimensionality (K’) and poly-logarithmically on the total size of the input (NL). This
means that under favorable coherence and sparsity conditions on the input, the network can again
have STM capacities that are higher than the number of nodes in the network. Specifically, showing
that A satisfies the RIP property, Theorem 2 ensures that standard recovery guarantees from the
sparse inference literature hold. In particular, any K-sparse input is recoverable from the network
state at time /N up to the error bound of Equation (4) by solving the ¢;-regularized least-squares
optimization of Equation (3).

3.2 Low Rank Multiple Inputs

Next we consider the case of a very different type of low-dimensional structure where the input
signals are correlated but not necessarily sparse. Specifically, in this setting we assume that the
inputs arise from a process where R prototypical signals combine linearly to form the various
input streams. Such a signal structure could arise, for instance, due to correlations between in-
put streams at spatially neighboring locations. A number of interesting applications display such
correlations, including important measurement modalities in neuroscience (e.g. two-photon cal-
cium imaging; Denk et al., 1990; Maruyama et al., 2014 and neural electrophysiological record-
ings; Berényi et al., 2014; Ahmed and Romberg, 2015), and remote sensing applications (e.g. hy-
perspectral imagery; Zhang et al., 2014; Veganzones et al., 2016). The applicability of RNNs and
machine learning methods to data well described by this low-rank model is also increasingly rel-
evant as there is increasing interest in applying neural network techniques to such data, either for
detection (Apthorpe et al., 2016), classification (Chen et al., 2016, 2014), or as samplers via varia-
tional auto-encoders (Gao et al., 2016). In this case, we can write out the input matrix in the reduced
form § = QV*, where V* € REX is the matrix whose rows may represent environmental causes
generating the data and Q € RY*F represents the mixing matrix that defines the input stream. We
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will assume both L > R and N > R, meaning that .S is low-rank. With this model we use a
definition of coherence given by:

pp =R sup [[VIfl- (10)
we(0,27]
where f, = [1,e 77, ...e I(N=D«]T i5 the Fourier vector with frequency w. This coherence

parameter mirrors the coherence used for the sparse-input case. As pg measured the similarity be-
tween the measurement vectors and the sparsity basis W, py measures the similarity between the
measurements and the left singular vectors of the measured matrix. The intuition here is that mea-
surements that align with the left singular vectors are unlikely to measure significant information
about the S.

To analyze the STM of the network dynamics with respect to low-rank signal statistics, we
leverage the dual certificate approach (Candes and Plan, 2010, 2011a; Ahmed and Romberg, 2015)
to derive the following theorem,

Theorem 3 Suppose NL > M, N > R, N > O(1) and L > O(1). Let z be i.i.d. zero-mean
Gaussian random variables with variance ﬁ For M an even integer, denote the eigenvalues of W

by {e/vm¥M_. Let the first M /2 eigenvalues ({ejw”l}%fl) be chosen uniformly at random on the
complex unit circle (i.e., we chose {wm}i\n/[fl uniformly at random from [0, 27)) and the other M /2
eigenvalues as the complex conjugates of these values. For a given coherence Ly, as defined as in

Equation (10), if
M > cR (N + pj L) log*(LN),

then, with probability at least 1—O((LN )1*5 , the minimization in Equation (5) recovers the rank-R
input matrix S up to the error bound in Equation (6).

The proof of Theorem 3 is in Appendix A.2 and follows a golfing scheme to find an inexact dual
certificate. In fact, we note that since our architecture is extremely similar mathematically to the
architecture in (Ahmed and Romberg, 2015), our proof is also very similar. The main difference is
that due to the unbounded nature of our distributions (i.e. the feed-forward vectors Z are Gaussian
random variables) and the fact that our Fourier vectors are on the unit circle (rather than gridded),
we can consider our proof as a generalization of the proof in (Ahmed and Romberg, 2015).

Theorem 3 is qualitatively similar to Theorem 2 in the way the STM capacity scales. In this
case, the bound still scales linearly with the information rate as captured by the number of elements
in the left and right matrices that compose S: RN + RL. Interestingly, due to the left singular
vectors interacting with the measurement operator first, the coherence term only affects the portion
of the bound related to the number of elements in Q. Additionally, as before, the number of total
inputs LN only impacts the bound poly-logarithmically.

4. Simulation

To empirically verify that these theoretical STM scaling laws are representative of the empirical
behavior, we generated a number of random networks and evaluated the recovery of (sparse or low-
rank) input sequences in the presence of noise. For each simulation we generate a M x M random

10
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Figure 2: ESNs can have high STM capacity for multidimensional sparse inputs. Relative mean-
squared error (rMSE) of the recovery for canonical sparse inputs (a) and Haar wavelet-
sparse inputs (b) is very low for a range of sparsity and network sizes satisfying M < LN.
The rMSE for DCT-sparse inputs (c), as predicted by our theoretical results, remains high
(approximately 100% error).

orthogonal connectivity matrix W* and a M x L random Gaussian feed-forward matrix Z. In
both cases we fixed the number of inputs to L. = 40 and the number of time-steps to N = 100
while varying the network size M and underlying dimensionality of the input (i.e., the sparsity level
or the input matrix rank). For the sparse input simulations, inputs were chosen with a uniformly
random support pattern with random Gaussian values on the support. For low-rank simulations, the
right singular vectors were chosen to be Gaussian random vectors, and the left singular values were
chosen at random from a number of different basis sets.

In Figure 2 we show the relative mean-squared error of the input recovery as a function of the
sparsity-to-network size ratio p = K /M and the network size-to-input ratio v = M/NL. Each
pixel value represents the average recovery relative mean-squared error (rMSE), as calculated by

-~ 2

Isl3

over 20 randomly generated trials with a noise level of | €||2 =~ 0.01. We show results for recovery of
three different types of sparse signals: signals sparse in the canonical basis, signals sparse in a Haar
wavelet basis, and signals sparse in a discrete cosine transform (DCT) basis. As our theory predicts,
for canonical- and Haar wavelet-sparse signals the network has very favorable STM capacity results.
The fact that the capacity achieves M < N L is demonstrated by the area left of the M = N L point
(v = 1) where the signal is recovered with high accuracy. Likewise, for the DCT-sparse signals we
find that the inputs are never recovered well for any M < N L. This behavior is also predicted by
our theory because of the unfavorable coherence properties of the DCT basis.

For the low-rank trials we see that recovery of low-rank inputs for a range of M < LN is
possible as predicted by the theoretical results. As with the sparse input case we consider three
types of low-rank inputs. Instead of changing the sparsity basis, however, we change the right
singular vectors V' of the low-rank input matrix .S. We explore the cases where the elements of V'

4. Orthogonal connectivity matrices were obtained by running an orthogonalization procedure on a random Gaussian
matrix.

11



0 0.2
Y =M/IN

0.4

CHARLES, YIN AND ROZELL

R(L+N-RYM
1 o o
R o -] e

p=
o
Y]

0.2
7 = MIN

0.4

0.2
Y =M/ILN

0.4
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Figure 3: ESNs can have high STM capacity for multidimensional inputs with low-rank structure.
The rMSE of the input recovery for inputs with canonical right singular vectors (a) and
Haar wavelets for right singular vectors (b) is very low for a range of input rank and net-
work sizes satisfying M < LN. The rtMSE for inputs with DCT right singular vectors (c)

remains high, a behavior predicted by our theoretical results.

are chosen from the canonical basis, the haar basis and the DCT basis. These results are shown in
Figure 3 with plots similar to those in Figure 2, but with only showing the range v < 0.5 to reduce
computational time. As our theory predicts, the recovery of inputs with canonical- and Haar right
singular vectors is more accurate for a larger range of p,~y pairs than the inputs with DCT right
singular vectors.

5. Conclusions

Determining the fundamental limits of memory in recurrent networks is critical to understanding
their behavior in machine learning tasks. In this work we show that randomly connected echo-state
networks can exploit the low-dimensional structure in multidimensional input streams to achieve
very high short-term memory capacity. Specifically, we show non-asymptotic bounds on recovery
error for input sequences that have underlying low-dimensional statistics described by either joint
sparsity or low-rank properties (with no sparsity). For multiple sparse inputs, we find that the
network size must be linearly proportional to the input sparsity and only logarithmically dependent
on the total input size (a combination of the input length and number of inputs). For inputs with
low-rank structure, we find a similar dependency where the network size depends linearly on the
underlying dimension of the inputs (the product of the input rank with the input length and the
number of inputs) and logarithmically on the total input size. Both results continue to demonstrate
that ESNs can have STM capacities much larger than the network size.

These results are a significant (conceptual and technical) generalization over previous work that
provided theoretical guarantees in the case of a single sparse input (Charles et al., 2014). While
the linear ESN structure is a simplified model, rigorous analysis of these networks has remained
elusive due to the recurrence itself. These results isolate the properties of the transient dynamics
due to the recurrent connections, and may provide one foundation for which to explore the analysis
of other complex network attributes such as nonlinearities and spiking properties. We also note that
knowledge of how well neural networks compresses structured signals could indicate methods to
pick the size of recurrent network layers. Specifically, if a task is thought to require a certain time-

12
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frame of an input signal, the overall sparsity (or rank) of the signal in that time-frame can be used
in conjunction with the length of that time-frame to give a lower bound for the required number of
nodes in the recurrent layer of the network.

While the current paper is restricted to orthogonal connectivity matrices, previous work (Charles
et al., 2014) has shown that a number of network structures can satisfy these criteria, including
some types of small-world network topologies. Additionally, we explored here low-rank and sparse
inputs separately. The methods we have used to prove Theorem 3, however, have also been used
to analyze recovery signals with other related structures (e.g. matrices that can be decomposed
into the sum of a sparse and low-rank matrix) from compressive measurements (Candes and Plan,
2011b). Our bounds presented here therefore could open up avenues for similar analysis of other
low-dimensional signal classes.

While the context of this paper is focused on the role of recurrent networks as a tool in ma-
chine learning tasks, these results may also lead to a better understanding of the STM properties in
other networked systems (e.g., social networks, biological networks, distributed computing, etc.).
With respect to the literature relating recurrent ESN and liquid-state machines to working memory
in biological systems, the notion of sparsity has much of the same flavor as the concept of chunk-
ing (Gobet et al., 2001). Chunking is the concept of humans learning to remember items in highly
correlated groups rather than remembering items individually as a way of artificially increasing their
working memory. Similarly, the use of sparsity bases allow RNNs to ‘chunk’ items according to
the basis elements. Thus, each basis counts only as one item (the true underlying sparsity) and the
network needs only store these elements rather than storing every input separately.
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A. Appendix
A.1 RIP for Multiple Gaussian Feed-forward Vectors

In this appendix we prove Theorem 2, showing that the matrix representing the network evolution
with L inputs and i.i.d. Gaussian feed-forward vectors satisfies the RIP. Recall that we have [ N] =
A3, where A € RMXNL js derived in Section 3 and that s (the vectorization of S) is sparse with
respect to the basis W, meaning that there is a K -sparse signal a such that s = Wa. Similar
to (Charles et al., 2014), this proof is based on showing conditions on M such that A satisfies the
RIP with respect to P, i.e.

(1=3)lall3 < [|A¥all; < (1+6)lall3,

holds with high probability for all K-sparse a. This is equivalent to bounding the following proba-
bility of the event

[(A®)TA® —I]||, <. (11)
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where the norm || A|| is defined as

H
y Ay
HAHK = ) sup 2
y is K—sparse ||y\|2

First we bound the expectation of H(A\II)H AV¥ — ] ‘ ‘ > and use the result to bound the tail
probability of the event (11).
Proof

A.1.1 EXPECTATION

First we let

~

A:[ZF ZoF .. ZLF} o,

Since (AW)7 AW = ﬁH:&, then for any a € RVE, || AWal|, = Hﬁa‘ ‘2. Therefore we only need
to prove that
3], =5
K

holds with high probability when M is large enough. Let V;H denote the ith row of A, i.e.,
L
VI => "z Fw,
=1

Let By = Zf\i/f V;VH—1/2and By = Zz‘]‘iM/zﬂ V;V:H —1/2;itis easy to check that By and

~H ~ ~H ~
By are complex conjugates, and that A A—I = B+ Bs. Therefore HA A — I‘ ‘K <2||B1||g>
and we only need to show that || By ||, < ¢ with high probability when M is large enough. We can
easily see that when i # j, 1 <i4,j < M/2, VZH and VJH are independent.

First we show that [E [|| B|| ;] is small with high probability when A is large enough. We then
show that || B || is concentrated around its mean with high probability when M is large enough.
By Lemma 6.7 in Rauhut (2010), for a Rademacher sequence ¢;, 7 = 1, ..., M /2, we have

M2 1 M2
BBl ] =E ||| D" = 37D | <2 |||>_ Vil
=1 K =1

We can now apply Lemma 8.2 from Rauhut (2010), giving us

K

M2
E(IBillg] < 2E [|> &ViVi"
=1 K
< 9E [E [Covmaxx/f log (100K )\/log (AN L) In (5M)
M2
S OViVHI Vii=1,..,M/2
=1
K
<

m\/le V2wl B @\Bluﬁ ﬂ (12)
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where the last inequality results due to 25K < NL, 5M < 4N L, the Cauthy-Schwarz inequality
and the triangle inequality, and Vinax = max;<j<pr/2 ||Vil|,, - Note that the pth element of VlH can

be written
L

Vi (p) =) 2 F®i(p).
i=1
and since we know that

L L
STIFETw ()P <Y I[i(p)lls 12 (®) = 12 (®),
i=1 i=1

and

Vinax = 1%
1<rlr;aﬁ/2| (p)]
1<p<NL

we can now use Corollary 5. Setting Q = M NL/2, up = u(¥) in Corollary 5 yields
p (¥). MNL

P |Vinax > =37 log =5 = | <. (13)
and
2(p MNL 2(y
E V2] <t j/ﬂog 5 11 <" ® 1o (1), (14)

Returning to the inequality in Equation (12), considering (14), we have

Ell|Billg] < ay/E[l|Billg] + 1,

where a = \/C1CoK log? (NL)u2 (%) /M. Then E[|| B[] < % + a1/} + % Whena < 1/2,
we get E[||B1|| ] < a. Let 0 < A’ < a < 1/2, and we can conclude that when

- C3 K1 (W) log® (NL)

M 5 ,

then
E[||Billg] <"
A.1.2 TAIL BOUND

Now we study the tail bound of || Bi||. First we construct a second set of random variables V/,
which are independent of V; and are identically distributed as V;. Additionally, we let

B M/2
B1 _ Z (‘/Z‘/zH _ ‘/i/‘/i/H) ,

=1

and then according to Charles et al. (2014), there is

E[||B)|, ] <2E1Billxl. ()
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PlliBillx > 2E[IBull] +ul < 2P [||Bu| > |- (16)
Now since we have

ViV = VIV || o < 2max{||ViViT || ,

‘/;'/‘/;/H‘ }K}7

and

2
Wvilles s vk o < vz
y is K—sparse Hy”2
then we know that max;<;<nz/2 HVZVZH‘ }K < KV2..
where V.. = max;<;<pr/2 ||V/||, then by Equation (13), we obtain

and max;<;< a2 | |V/ VP[] < KV

max:?

Vi o> log

Ku*(®)  MNL
P|: max Hm‘/ZHHK> log :| §P|: max M 277

MQ(\IJ) MNL
<.
1<i<M/2 M 2n

Since the probability theorems depend on bounded random variables, we define F to denote the
following event

P = Lo { e [V e VIV

_ Kp2(®)  MNL
1<i<M/2 1<i<M/2 - ’

M o8 2n

such that P [FC} < 2n. Furthermore, we define Iy as the indicator function of F, and let
El = Zi\i/f i (VZVZH — VZ-’VZ.’H) Ip, where § = {;},i=1,2,..., M/2is a Rademacher sequence
and independent of V;. The truncated variable Y; = &; (ViV;H — Vi’ V;’ H ) I has a symmetric dis-

tribution and ||Y; || is bounded by Bpax = 2K*J‘\Z(‘I’) In M2]v\7f L By Proposition 19 in Tropp et al.
(2009), we have
P [Hél ’K > Cy(uE [HEHK} +thax)} <e v pet (17)

for all u, ¢t > 1. Following Tropp et al. (2009), we find that

P

—

Bi|| >0 <P|[|Bi| >o]+P[F, (18)
K K
and
5|8, < [l[B]],]- )
K K

By combining Equations (17), (18), and (19), we get

& [Hél)‘}( > Ca(uE [HEIHK} +thaX)] <eet
In Equation (20), let n < 1/e, u = y/logn~! and t = logn~!. These values yield

P [HEHHK > Cy(logn™'E [HEHK} + (logn‘l)Bmax)} < 4n. (20)
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Now we can combine Equations (15), (16), and (20) to get

P [HBlHK > 2B [||Bi| ] +2C3/log n 'E[|| Bull] + Ca(log ™) Brnax | < 8.

By choosing

- C3K p%(®)log® (NL)

M > 7 : Q1)

where §' < 1/2, we obtain

0% log (M NLn™Y)

P
log® (NL)

1Bl > 20"+ 2C48"/log =1 + Cslogn

< 8.

We observe now that

log(3MNLn1) < 2log (NL) +logn~*
log’ (NL) — log® (NL) ’

indicating that when n > (NL)~ log" (NL) e, logn~! < log® (NL), then

log($MNLn™") -c
log® (NL) — %

, for a constant Cg. This inequality reduces our probability statement to
P IBill, > 26" + 2C16'\/log 1 + Cs5Cg log n—l(s’?] < 8.
For an arbitrary § with 0 < 6 < 1/2, we let

5 g

"~ 20,Co\/logn L

(22)

resulting in

2C48"\/logn=—1 = 2

Cy’
25, - 6 S 5 9
0407\/ log 77*1 0407
2
C5Cslogn 16" = C5Cs 0" o GG s

1C2C2 = 3CIC2

3  /3C5Cs
> -
C7_max{3,c4, 802 },

5 o0 ¢
P [HBIHK > -+ 3 —I—] < 8.

Then we can see that if

then

3 3 3

17



CHARLES, YIN AND ROZELL

Now by plugging (22) into (21), we know that when (NL)*1r14 (NL) < 5 < 1/e, there exists a
constant C' such that when

N CKp*(¥)log” (NL)log (n™")

M 52 )

there is
P(|[B1l|x > 6) < 8n,

which completes the proof. |

A.1.3 LEMMAS FOR THEOREM 2

Lemma 4 Suppose we have n complex Gaussian random variables, z1, z2, -+ zn, 2; = i + jY;,
where x; and y; denote the real and imaginary parts of z;. Let x; and y; i.i.d Gaussian r.v.’s with
mean 0 and variance 1/2M. ¢y, ¢2, - -+ ¢y, rv.’s which are independent of z; for all i and satisfy

n
> el < g,
=1

then for w = Y7 | zi¢;,

_ Mu

Pllw)?>u] <e "

Proof We use x and y to denote the real and imaginary parts of w, and a; and b; to denote the real
and imaginary parts of ¢;. We have

n

n
w= Z(ail'i —biyi) +] Z(aiyi + bizi)z + jy.
=1 =1

Then conditioned on a; and b;, z and y have distribution N'(0, 537 >, (a? 4 b7)).
The next step is to prove the conditional independence of x and y. Since

. aibi aibi .

C2M 2M

Cov(ajz; — biyi, aiyi + bixilas, by)

when ¢ # j, x;, y; are independent of z;, y;, and = and y are conditionally independent. Thus,

conditioned on a; and b;,
2M 9

2 P} |w| ;
Z?:l (af +b7)
is x? distributed. We use y- to denote a two-degree x? distributed random variable. According to
the results on 2 distributions, we have

2MU e Mu _ Mu
S bi| =e Bm T <e vl (23)
>oic (af +07)

Noticing that Equation (23) holds for all possible values of a; and b; completes the proof. |

P [lw* > ulai, bi] =P |x2 >
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Corollary 5 For Q rv’s, w1, wa, -+, wg, let w; = Z?:l Zi®q and z; = x; + jy;1, where xy,
vi, 1 <1< Q, 1 <1 <mnarei.id. Gaussian distributed with mean 0 and variance 1/2M. Suppose
for any 1, there is

n
Z\¢il|2 < g
I=1

And let wax = Maxi<i<q |w;l|, then for n > 0, we have

Q

:U'2
P |:wr2nax > MO IOg T]:| S n,

and

2 1Mo
E [l < (0 Q1 1).

Proof According to Lemma 4 and by using union bound, we have

_ Mu

P[w2 >u}§Qe "

max

_ Mu

Letn = Qe #§ and there is

2
P [wiax > % log ﬂ <.

Then we have

E [wfﬂax] = /0 P [wﬁlax > u| du

%ln@ 0o _ Mu
/ 1du—i—/2 Qe " du
0 20 10gQ

2

Ho
= —(1 1).

3y los@+1)

IN

A.2 Proof of Low-rank Recovery

In this appendix we prove Theorem 3 where a low-rank input matrix S can be recovered from the
network state [/N] via nuclear norm optimization (Candés and Tao, 2010; Candés and Plan, 2010;
Recht et al., 2010). To prove this theorem we use the dual certificate approach used to prove similar
results in (Ahmed and Romberg, 2015; Candes and Plan, 2011a). In this methodology we seek a
certificate Y’ whose projections into and out of the space spanned by the singular vectors of .S are
bounded appropriately. Specifically if we consider the singular value decomposition of S as

S =QxVv*
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and we consider the projection Py which projects a matrix into the space 7" spanned by the left and
right singular vectors,

Pr(W)=QQ*W +WVV* - QQ*"WVV* (24)

the conditions for the dual certificate are that A is injective on 71" and there exists a matrix Y which
satisfies

1

1Pr (¥) =@Vl < 7 )
1

Pre (V)] < 3 (26)

where the projection Pp. is the projection onto the perpendicular space to 7',
Pro (W) =1 -QQ" )W (I -VV7)

The remainder of this proof will be devoted to demonstrating that there does exist a certificate
Y by iteratively devising Y via a golfing scheme (Gross, 2011; Candés and Plan, 2011a; Ahmed
et al., 2014). The golfing scheme essentially generates an iterative method which defined a series
of certificate vectors Y for k& € [1,--- , k] which converge to a certificate Y, which satisfies the
necessary conditions. As in (Ahmed and Romberg, 2015), we can initialize the 0" iterate to zero,
and define the k'" iterate in terms of the Yj,_; as

Y, =Y + cALA(QVT — Pr (Yi—1)),
where
A (W) =vec ((A,,W)). 27)

We can see that since every iterate has A} applied to it, every iteration is projected in to the range of
A*, indicating that the final iteration Y will also be in the range of .A*. In (Ahmed and Romberg,
2015), Asif and Romberg define a simpler iteration

Y), = (Pr — kP AL AP Y1,
which is expressed in terms of the modified certificate
Yi = Pr(Yi) - QV™.

What remains now is to demonstrate that this iterative procedure converges, with high prob-
ability, to a certificate which satisfies the desired dual certificate conditions. We start by using
Lemma 9 and observing that the Forbenious norm of the k" iterate is well bounded with probabil-
ity 1 — O((LN)~") by

Hfka < max||7>T—mDTA,:AkPT||Hffk_lH
F k F
< 2|
F
< 27M1QV*|p
< 27kVR,
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so long that M < cfBrR(N + p2L)log?(LN). As in (Ahmed and Romberg, 2015) we observe
that when we choose x > 0.51og, (872 R), the bound for the Frobenious norm of Y, is bounded by
Hf’n LS @van)

To show that the second condition on the certificate is also satisfies, we apply Lemma 10. We
begin with writing the quantity we wish to bound in terms of the past golfing scheme iterate

1Prs VIl < 30 ||Prs (wAiATi )|

= Y|P <mA,’§Ak}7k,1—l~fk,1>H

(]

kAL ALY 1 — ?}c—lH

™

KALALY 1 — ffk—lH

F
k=1
K o~ o~
< max ‘nAZAkYk_l—Yk_lH
kell,...k] F
k=1
K
< Lo
- 2
k=1
1
< —
- 2

We use Lemma 10 to bound the maximum spectral norm of EA,’;AkIN/'k_l — ffk_l with probability
1 — O((LN)'=P. Taking k > log(LN) shows that the final certificate Y} satisfies all the desired
properties, completing the proof.

A.2.1 MATRIX BERNSTEIN INEQUALITY AND OLICZ NORM

The lemmas required in our main result depend heavily on the matrix Bernstein inequality (Tropp,
2012). This inequality uses the variance measure and Oricz norm of a matrix to bound the largest
singular value of the matrix. The matrix Bernstein inequality is summarized as

Theorem 6 (Matrix Bernstein’s Inequality) Let X; ¢ RN, i € [1,..., M] be M random ma-
trices such that E[X;] = 0 and || X;||,,, < Ua < oo for some o > 1. Then with probability
1 — e~ %, the spectral norm of the sum is bounded by

M
Sx
=1

for some constant C' and the variance parameter defined by

2

M
< C'max {JX\/t—i—log(L—i—N),Ualogl/o‘ < g]a> (t—l—log(L—l—N))},

Ox

1/2 1/2

ox = max ,

M
Y E[X.X;]
=1

M
S E(X! X))
=1
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where Orlicz-a norm || X||,,  is defined as
111, = inf {y > O | X117/ | <21 (28)

In particular we will use the matrix Bernstein inequality with the Orlicz-1 and Orlicz-2 norms,
since subgaussian and subexponential random variables have bounded Orlicz-2 and -1 norms, re-
spectively. To calculate these norms, we find the following lemmas from (Tropp, 2012; Ahmed and
Romberg, 2015) useful:

Lemma 7 (Lemma 5.14, Tropp, 2012) A random variable X is subgaussian iff X? is subexpo-
nential. Furthermore,

2 2
IX12, < [1X7]],, <2/IX1E, -

| ‘1/11
Lemma 8 (Lemma 7, Ahmed and Romberg, 2015) Ler X; and X5 be two subgaussian ranfom
variables. Then the product X1 X5 is a subexponential random variable with

1X1 Xall, < el1X3]], |1 Xl -

Lemma 7 relates the Orlicz-1 and -2 norms for a random variable and it’s square. Lemma 8
allows us to factor an Orlicz-1 norm of a sub-exponential random variable as the product of two
subgaussian random variables. Finally we find useful the following calculation for the Orlicz-1
norm of the norm of a random Gaussian vector z,, with i.i.d. zero-mean and variance o2 entries:

2
11213

- jnf{y;E [enznnz/y} < 2}

1 2 2 1
= infly: e (/2051 gy < QM}
{y V2o /IR B

202

= 71 pEnn (29)

1

A.2.2 BOUND ON ||sPpr AL A Pr — Prl|

Lemma 9 Let Py be defined as in Equation (24) and Ay, be the restricted measurement operator
as defined in Equation (27). Then if the number of nodes scale as

M > cfrR (N + pgL) log*(LN),

for a constant B > 1, then with probability greater then 1 — O(rk(LN)~5, we have

max ||kPrA*APr — Pr|| <

ke(l,...,k

| =

Proof
Lemma 9 bounds the operator norm

||kPr AL AP — Prl|
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Since E [A}.Ay] = LZ, this norm is equivalent to

KPr AL APr — Pr = KkPrALAPr — E [kPrA;L A Pr)
= k> (Pr(An) @ Pr(As) - E[Pr(A,) @ Pr(Ay))).

nel’y

We can also define here £,(C) = (Pr(Ay), C)Pr(A,) which has ||L,|| = ||Pr(An)|[%
which gives us

KPrAGAKPT — E[KPr AL AP = £ ) (Lo — E[L,)).

nGFk

To calculate the variance, we can use the symmetry of £,, to only calculate

SCE[L] -RILP <k || D] E[L]|| =2 [E | D] IPr(A)lFLn

nely nely nel'y
We now need to bound ||Pr(A,,)||%, which can be done by the following:

1Pr(An)llE = (Pr(An), An)

(QQ znfr, 20 fr) + (ZnFLVV 20 f) — (QQ 20 fLVV ™ 20 f1)
1 £l31Q 2l + 2a 31V Full3 = 1Q 2all3IV* £l

NIQ* zuli3 + zall3IV* Full3-

IN

Using this calculation we can write

E D NPr(AlzLa||] < [|D] EINIQ zall3 + l2nll3lV* £,15) £n]
nel'y nely
< Z E [HQ*an%ETL]
nely
+sup [V Folloo || D E [[Iznl3£n]
nel'y
< N{| Y E[Qzal3La]|| + B || D E [llznll3L0]

TLEFk neFk

We now need to bound these two quantities. First we look to bound the first quantity

IN

> E[IQ*znl3(Pr(An) @ Pr(An))] 1P B [|1Q* znll5(An ® An)]|| | Prl]

nely

IN

1B [1Q* 23 {znla) 5 81 F i }as] ||
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Expanding, we have:

* = ||E ZH‘IlMZn J17+2 ) Re((qr, gm)zalllz;[m]) | znlalz;[81In
l#m
a7ﬁ
1 & 2
= {W Z lqul3InGa—p + M2<qa,qB>IN5a¢ﬁ}
=1 a,B
1
= 5 |{IQUE Ivdazs + 2(da, 45} Indazs},
giving us
* R—i—l
> EIQ zal3(Pr(An) @ Pr(An))]|| < 7HQHF+ 1QQ™| <
nely

Similarly, for the second term we can take Q = Iy, to get

1 L
> E[lzal3(Pr(An) @ Pr(An)]|| < 5 ITIF = 5/
nGFk
Putting the pieces together, we get
N + ugL
o

To use the matrix Bernstein inequality, it now remains to bound the following Orlicz-1 norm:
K ||Ln — E[Ly]|],, - By the PSD quality of £,, and its expectation,

1€ = ELallly, < max{|1£ally, = ELa]lly, } -

The norm of ||E [£,]|| can be calculated via

o% = kR

IE[Lalll = [[E [Pr (An)llF = E

1 N
5 el ] — oIalE = 5

indicating that the second term is simply ||E [£,]|[,, = N/(M log(2)). To calculate ||E [£
we use the definition of the Orlitcz-1 norm in Equation (28) to see that

1ally, = || (4G < N 11Q2alBll,, + BN lIzal3l], -

nlly,s

where the inequality stems form the fact that |[V* f,,||3 < RNp3 and || f,,]|3 < N. Using the result
in Equation (29) with 02 = 1/M in the first term and in 0 = R/M in the second term yields

Bl < N|IQ zalB]],, + BN |[lIzal3]],,

1 N . Ry
M\M1-4"%) 1-471

2R (N + L,u%)
log(2)M
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We now have appropriate bounds on both the variance and Orliscz norm, permitting a bound on
the largest singular value via the Matrix Bernstein inequality. Specifically, we can see that the first
term in Theorem 6 with t = Slog(LN) > log(N + L) is bounded as

N 27,
ox /i +1og(L + N) < \/ Mw% log(LN).

Likewise we can bound the second term:

2

MU
U110g< 021>(t—|—log(L—|—N)) < 2BU110g<
X

AAKR(N + 1i2L)
log?(2) M
BER(N + g L)

- M

> log(LN)
log?(LN).

Thus to appropriately bound

BrR(N + p3L)

KRB(N + pgL) 2
0 i log*(LN )}7

M

log(LN),

H/{PT.AZ.AkPT — PTH < cmax {\/

we can see that we would need
M > CBKR(N + p2L)log?(LN).

Taking the union bound over the x partitions completes the proof of the lemma. |

A.2.3 BOUND ON [[(A*A — T)(G)||

Lemma 10 Ler A be defined as in Equation (27), k < M be the number of steps in the golfing
scheme and assume that Ml < LN. Then as long as

M > cfrmax (N + pgL) log?(NL),

where ,u% is the coherence term defined by

e

pi=R"" sup
wel0,27]

then with probability at least 1 — O(M(LN)~?), we have
m}?X ) ‘K.A;;Ak(ffk_l) — }ka_lH < o~ (k+1),

Proof

Lemma 10 essentially bounds the operator norm of k.A4*.4—Z. In particular, to prove Theorem 2,
the reduced version with £ = 1 is needed. Lemma 2 essentially uses the matrix Bernstein inequality
to accomplish this task, taking

Xn =k((G,An)A, —E[(G, A,)A,)),
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and we just need to control ||>_ E [X,, X]|| and ||>_ E [ X X,,]||. To bound the second of these, we
can calculate

S EXX|| < &Y E[(G AP A, A}

nely nel'y

= || Y E[lI£. B G, APz

TLGFk

3Nk
7HG||F7

where the second inequality is due to Lemma 11 and || f,,| |§ < N. For the other expectation

> EX.X|| < Y E[(G A)ALA,]
nel'y nely
Lr? N
= S || 22 ENGE.I3f. 53]
nely
Lr?
< JEswUGLIE) || > 1y
TLGFk
Lk
< 7ol GLB)
Lk
= 263

Using these bounds, we can write
K
0% < |G| max (oL, 3N},

and to use Proposition 1 we just need to bound || X ||4,. To start, we can see that

U = [ X]ly, <26[(G, An)Anlly,
< k|G, An)lly, Il Anllplly,
< enllG Andl 17215 Nzl
N *
= C"G\/M(1_41/L) |l[trace(f,, 2, G)ll
L
N
< CH\/M2(1_4_1/L Z g1 Fr)ll g,
IN2Lu||G|?
< c¢K 'L]EJ HF
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We can now apply the matrix Bernstein theorem with the calculated values of U; and o x. Again
using t = Slog(LN), the first portion of the bound is

oxVt+log(L+N) <cl|Gl|p \/’;\5 max{uj L, N}log(LN),

and the second portion of the bound is

Ui log (AU12> (t+log(L+ N))

gx
LN 2 LN 2 Mec||G||% k2
< |Gl wy| N o (LRt MellGlle ) 5100y
M M2 ]| GI[E max{pL. N}

N,ui cA/iLN,ui
1 log(LN
M <Mmax{,uzL,N} Flog(LN)

LN u?
< B |Gl|p wy| = log (min{uL, N}) log(LN).

We can now use Lemma 12 to bound p2 < 2 with probability 1—O(M (LN)~") and Lemma 9
to bound ||G|| < 27%V/R, which gives us a bound of

<cl|lGllpx

|(A*A—T)G|| < 27%/? max {\/H/BRI?\?(LN) log(max{u2L, N}),

M%LN% log(LN)log(min{u2L, N})} .

Simplifying the bound using R < min{L, N'},

[(A*A—T)G|| < 272 max {\/'%M log(LN), \/M%LN% 1og2(LN))}

Taking

M > c¢frRmax{N, Lu3}log*(LN),
proves the lemma. To simplify the bound on the probability, we note that Lemma 12 holds with
probability 1 —O(M (LN)~#) and this lemma holds with probability 1 — O (x(LN)~#). Since x <
M and assuming that M < LN, we can write that the result holds with probability 1—O((LN)'=#).
Additionally, since Lemma 12 holds when

M > iR (N + Lug) log®(LN) > cfrRmax{N, Luj}log*(LN),

Then both lemmas hold under the same condition. |
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A.2.4 BOUND ONE [[(C, A,)|* 2,2}
Lemma 11 bounds the spectrum of the expected matrix

E [|<G, An>]2znz;] :

Lemma 11 Suppose A, = z,f, be defined as the outer product of an i.i.d. random Gaussian
vector z, with zero mean and variance 1/M and a random Fourier vector f,. Then the operator

HC, A,) |2z, 2% satisfies
* 3 *
E. [0, A P2az] < 505 C" Ful3 s
and

3
E.s [(C, An)2023] 2 25l CIF I
Proof
To begin the proof, we look at the expectation of each element of the matrix. We first calculate
the expectation with respect to z,,

2

]z, (0]

[ L
Z Zn[l]cikfn

| 11=1

- E. (z i f ) (Zzn clf> alols [m]

L
= Be | 3 lnllPlci faPalolai 5] + 23 Re Gilllaa (e fas i) nlolzi 19
k;él

- (2]\/[2 et ful + Hcm%) ot g€ F )z
We can then use the matrix formulation

E, [|<Ca An>|2znzn] = mdlag(cfnfnc )+ WHCan%IM

x = [,

= L3I +2CF, £;C — Sdiag(CF, £7C")

3
= lCF B,

where to obtain the result we first use the linearity of the expectation along with the with the positive-
semidefinite property of diag(C f,,f,C™), proving the fist portion of the Lemma. To prove the
second portion we simply take an expectation with respect to f;:
. 3
E.r[(C, An)znz}] < Ef [

IO LB = 77

completing the proof. |

ICIE L,
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A.2.5 CONTRACTIVE PROPERTY OF y2

Lemma 12 Let u% be the coherence factor as defined in Equation (30), and additionally assume
that L > 1 and that LN > Rug. If

M > efrR (N + Lug) log®(LN),
then with probability at least 1 — O(k(LN)™#),
M% < 2_1/@71,

forallk e[l,--- K]

Proof
In Lemma 12 we show that the coherence term reduces at each golfing iteration. Observe that
1 L
jik = - sup Z(Yk,elf )2
v i
2
1 *\ /%7 v *
= ESUPZ > K(Pr(An),eif ) (Y1, An) — (Y1, erf")
¥ 1=1 \nery
B 2
= s Y (S w(Pr (A ef ) (i1, An) — E [6(Pr (An), eif ") (i1, An)|
¥ =1 \nely

To bound this quantity we use the scalar Bernstein inequality on each of the inner quantities
> Xa= 3" w(Pr(An),eif ) Vi1, An) — E [6(Pr (An), e1f ") (Vi 1, An)]| -
nel'y nel'y

As in the matrix Bernstein formulation, we require both the variance and Orlicz norm. First we find
the variance,

SEXX] = 12 3E[[Pr(An) e )PV, A

nel'y nely

~[E [(Pr (An), erf ) ¥i1, An)]

< &) EQQ zufr. eif ) + (zaf 3 VV e f*)
nel'y
HQQ 2 1V Ve )PV, An) 2]
< &Y CEQQ zafr ef )+ [(FLV VY, ) zall])

nely

H(QQ 2 F LV V™ e )P) |(Ver, An)?]
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This sum consists of three terms. The first of which can be bounded using Lemma 11,

S E[QQ 2 fr e ) PVt A

TLGFk

= 3 E[If3f (@ Q22| (¥ier, A0)P]

nely
2

SO0 [f*fnf:;fqr QILQqZ]

3R,u .
< Nl Y FEFLLS

nely
:%HQH
KM? iz -

For the second term we have

ST E[KFVVE PPl P (Y1, AP

nely

= > B[V £ VAPl P (Yo, A

nely

= Y E[fVV VY Y mllzafi) P

nely

Using the fact that |2,,[]|? = e} z,,z} e, and Lemma 11, we obtain

> E[FVVE PPl P (Vs An) P

nely

3 * * * * *
<o DB VYLV e
nely

< S g vy s vy

nely

3Ru?
< k T VIS

2
ILel]
2

3R2Mk—1ﬂo
kMY
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Finally, for the third term, we have

> E[QQ 2 iV V™ e f )P I(Yi 1, A

nely

(V" £ VDl @ 20) P Vi1, An) ]

= Y E[FVVILLVV g Q 2 Pl(Yi 1, A ]

(]

IV*£I3 4 Q" 0] (¥ie1. An) PQar

nely
3 2 * 2 et 2
< sz a1V 18 3 B [[[Fieass [
nel’y
3R
< ———lall3-

- kM
Summing the three bounds and using ||q;|| < 1 yields
PJRMZ ‘R2M2M2
2 k—1 2 0Mk—1
ox <9k <W laill5 + 2T :

To use the Bernstein inequality it remains to find the Orlicz-1 norm of X,,. From Lemma 10 we
have

- 2 - 2 9 Ry,
B A = ||zt < 1@ zally k-1 V" Fulbll}, < =57
For the first term we have
* * 2 * * 2
Fnfla, Q@ zn)lly, < [IIFulla [F]l2 Ka, @ zn)lly,
* Yk 2
< N?||lg'Q*zull},
2 2
o Nl
M2

For the second term we have

IV Frs V) zalll, < NIV £l 1Vl 2a 011, < Cﬁué-

Similarly, for the final term we have

2

R

* * * 2 * * * )k 2 2

IV £ V) @, @ za) |5, < IV Fullo IV Fll, @7 Q% 2nll}, < e i llaulls-
¥ M

Now we can calculate the total Orlicz norm as

Rug_, (N*|lall;  R* , R
2 k-1 1 2
[ Xnlly, < ek’ i < 2 2 +MM%+MM3H‘RHQ
< K2RN? 2k%2R3
< ¢

2 K
e laull3 iy + Cwﬂéﬂ%q'
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Since we wish to bound the square of the sum of terms, we calculate the square values of the
two terms in the Bernstein inequality. The first term is bounded by

R N
0% < i1 (g il + 278 ) log(L),
and the second term is bounded by

2
el Ry (57 llaully + 28204

M2y (5 a3 + 2Ru3)

U2
£2U2 log (’ k| >5t2U§10g2 c
0%

IN

R N?||qi||3 + 2M R*1g
tPer® —5 i 1( l@il|3 +2Ru >log : 0
M? 2 “Nllal2 + 2RM 2

N2
< cfPR? Mz:“k ! <Mllqz||§+2R2u§) log* (LN),

where the last step assumes L > 1 and LN > Ryugj. Each summand is then bounded by the
maximum of these two quantities with probability 1 — O(|T'x|(LN)~#), the |T';| term coming from
the union bound over all terms in each inner sum.

Using this bound on each summand, we obtain the total bound by taking a union bound, sum-
ming over ! € [1,---, L], and dividing by R, yielding a bound of the maximum of

R N
tok < CﬁﬁMﬂk 1 (M + 2LM§) log(LN),

and

2772 2 |Fk’U§ 2 2R N 2 4
t"Ug log < 0% < fc leik 1 M+2RL/~LO log™ (LN)

with probability 1 — O(M (N L)~?). To complete the proof, we note that if we have
M > ¢BkR (N + Lug) log*(LN),

then both terms in this bound are less than ui_l. |
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