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Autocorrelation Function for Dispersion-Free Fiber
Channels with Distributed Amplification

Gerhard Kramer

Abstract—Optical fiber signals with high power exhibit spectral
broadening that seems to limit capacity. To study spectral broad-
ening, the autocorrelation function of the output signal given the
input signal is derived for a simplified fiber model that has zero
dispersion, distributed optical amplification (OA), and idealized
spatial noise processes. The autocorrelation function is used to
upper bound the output power of bandlimited or time-resolution
limited receivers, and thereby to bound spectral broadening and
the capacity of receivers with thermal noise. The output power
scales at most as the square-root of the launch power, and thus
capacity scales at most as one-half the logarithm of the launch
power. The propagating signal bandwidth scales at least as the
square-root of the launch power. However, in practice the OA
bandwidth should exceed the signal bandwidth to compensate
attenuation. Hence, there is a launch power threshold beyond
which the fiber model loses practical relevance. Nevertheless, for
the mathematical model an upper bound on capacity is developed
when the OA bandwidth scales as the square-root of the launch
power, in which case capacity scales at most as the inverse fourth
root of the launch power.

Index Terms—Autocorrelation, Channel capacity, Dispersion,
Kerr effect, Noise

I. INTRODUCTION

Optical fiber is a medium that exhibits frequency-dependent
dispersion, nonlinearity, and noise, where one source of noise
is distributed optical amplification (OA) [1]]. One obstacle to
understand the capacity of optical fiber is that combining
nonlinearity and OA causes spectral broadening that seems
difficult to characterize. To make progress, we study a simpli-
fied fiber model that hopefully retains the essential features of
spectral broadening. In particular, we neglect dispersion and
the frequency dependence of nonlinearity, and we consider
distributed noise processes with idealized statistics.

There are two existing approaches to analyze dispersion-
free fiber with OA. The first is by Mecozzi [2] who derived
the per-sample statistics of the channel, including the channel
conditional probability distribution. Turitsyn et al. [3] and
Yousefi and Kschischang [4] rederive this distribution with
other methods. They further argue that, for large launch power
P, the per-sample capacity is the same as the capacity of an

Date of current version February 28, 2022.

G. Kramer was supported in part by an Alexander von Humboldt Profes-
sorship endowed by the German Federal Ministry of Education and Research,
and in part by the DFG under Grant KR 3517/8-1. This paper was presented
in part at the 2017 Conference on Lasers and Electro-Optics Pacific Rim.

G. Kramer is with the Institute for Communications Engineering, De-
partment of Electrical and Computer Engineering, Technical University of
Munich, 80333 Munich, Germany (e-mail: gerhard.kramer @tum.de).

additive white Gaussian noise (AWGN) channel with intensity
modulation and a direct detection receiver, i.e., capacity grows
as %bgP for large P. Refined results appear in [3S], [6], [7].
A second approach considers the entire received waveform.
Tang [8]], [9] studied the auto- and crosscorrelation functions
of the channel input and output signals when the input signals
are Gaussian and stationary, and in particular when the input
signals are sinc pulses with complex and circularly symmetric
Gaussian modulation. The autocorrelation function defines the
signal power spectral density (PSD) that lets one study spectral
broadening. Tang used the PSD to evaluate Pinsker’s capac-
ity lower bound [10] for wavelength division multiplexing
(WDM) and per-channel receivers without cooperation.

A. Limitations of the Per-Sample Model

The per-sample model is attractive because one has closed-
form expressions for the statistics. Furthermore, one might
suspect that the per-sample capacity predicts what is ultimately
possible with high-speed receivers. However, we argue that the
model has several limitations and pitfalls.

First, the per-sample statistics do not capture spectral broad-
ening, and this tempts one to consider only the launch signal
bandwidth rather than the propagating signal bandwidt The
propagating signal bandwidth W grows with the launch power
P and a practical requirement is that the OA bandwidth
B exceed W to compensate attenuation, i.e., one requires
B > W. However, we show that there is a P beyond which B
does not exceed W and the model loses practical relevance
The growth of W is due to signal-noise mixing that cannot be
controlled by waveform design.

Second, a per-sample receiver has infinite bandwidth while
practical receivers are bandlimited. In other words, a per-
sample analysis takes limits in a particular order: first the
receiver bandwidth is made infinite and then P is made large.
However, for a given system the receiver bandwidth is fixed,
and changing the order of limits (first P is made large) can
change the capacity scaling.

Third, the per-sample model ignores correlations in the re-
ceived waveform, and this can lead to suboptimal receivers. In
fact, we show that a three-sample receiver achieves unbounded
capacity for any P for the model studied in [2], [3]], [4]. The

IThere are many reasonable definitions for bandwidth. We use a common
one, namely the length of the frequency range centered at the carrier frequency
that contains a specified fraction of the signal power.

2The short article [1T]] also argues that the model of [2] may be impractical
for large P. The arguments are based on empirical observations concerning
spectral broadening and signal-noise mixing.



per-sample rate %bgP thus underestimates capacityﬂ This

issue will also appear for the nonlinear Schrodinger equation
(NLSE) with dispersion, nonlinearity, and distributed noise.

The result may be understood as follows: the noise in
the model of [2] has limited bandwidth while a per-sample
receiver has infinite bandwidth. Thus, by sending signal energy
in the noise-free spectrum one achieves large rate, cf. [12}
Thm. 5]. The reader may expect that an obvious fix is to
add white (thermal or electronic) noise to the channel or
receiver models. However, the per-sample capacity is then
zero. This conundrum shows that reasonable and precise noise
models, device models, and spectral analyses are needed when
analyzing capacity, e.g., see [1, Sec. IX.A-B].

Based on these observations, we conclude that one should
study the waveform model, and not only the per-sample model.
More precisely, we study filter-and-sample models where the
receiver projects its input waveform onto orthogonal functions,
e.g., time-shifted sinc pulses or time-shifted rectangular pulses.
The motivation for considering these two sets of pulses is to
include the engineering constraints of finite bandwidth and/or
finite time resolution. We further model the projections as be-
ing corrupted by thermal noise. We then proceed to study two-
sample statistics to compute autocorrelation functions, PSDs,
and receiver power levels. Finally, we study OA bandwidth
that grows with the propagating signal bandwidth to better
understand spectral broadening.

We remark that, to permit analysis, we make several ideal-
izations in addition to neglecting dispersion and the frequency
dependence of nonlinearity. For example, we idealize the
spatial noise statistics at two different time instances to be
jointly Wiener. The resulting model is subtly different than
the one studied in [2], [3], [4l, [5]], [6], [7], and we discuss
these differences in Section and Appendix [A] The model
lets us show that spectral efficiency decreases rapidly with
increasing P for any launch signal and for large P. A similar
result was shown for WDM in optically-routed networks in [[1]].

B. Organization

This paper is organized as follows. Section [lI] describes
notation, second order statistics, AWGN channels and their ca-
pacities, and certain hyperbolic functions. Section [l1I| describes
the fiber and OA noise models under study. Section[[V]reviews
several receiver models, including per-sample models, filter-
and-sample models, bandlimited receivers, and time-resolution
limited receivers. Section [V] states our main result: the au-
tocorrelation function for a dispersion-free fiber model with
distributed OA and idealized noise statistics. Section[VI|studies
the autocorrelation function for rectangular pulses. Section
develops upper bounds on the output power and energy of the
receivers, as well as lower bounds on the propagating signal
bandwidth. Section uses the power bounds to develop
capacity upper bounds. Section concludes the paper. The

3 The potential for capacity increase was noted in [4} Sec. VIII] but without
recognizing the extent of the effect, i.e., that the noise model is unreasonable.
Hence, the main conclusions in [4, Sec. VIII] should be treated with caution,
namely that the capacity of dispersion-free fiber grows as % log P, and that
a potential peak of spectral efficiency curves is due to deterministic effects
only, and not due to signal-noise mixing.

appendices provide supporting material, including a review of
theory from [2].

II. PRELIMINARIES

A. Basic Notation

This section describes basic notation that we use for sig-
nals and random variables. For convenience, further selected
notation is listed in Table [[I] at the end of the document.

We study signals u(z, t) where z is a spatial variable and ¢ is
a time variable. The position z = 0 is where the information-
bearing signal «(0,-) is launched. To shorten notation, we
often write u,(t) = u(z,t), and even drop z if the position
is clear from the context. For example, we often write wu(t)
for u(z,t) = u.(t). We also often drop the time indices for
convenience, e.g., we write ug = ug(t) and uj = ug(t').

We write random variables with uppercase letters and real-
izations of random variables with the corresponding lowercase
letters. For example, we follow [2] and study the statistics of
the random variables U(z, t) for different ¢ when conditioned
on the event Up(-) = uo(-). The expectation of X is denoted
by E[X], and the conditional expectation based on the event
Y =y is denoted by E[X|Y = y].

The notation y* refers to the complex conjugate of y. R(y)
and 3(y) are the respective real and imaginary parts of y. The
function 1(-) is the indicator function that takes on the value 1
if its argument is true, and is otherwise 0. The function §(-) is
the Dirac-0 operator, and we write sinc(y) = sin(my)/(7y)
with sinc(0) = 1. The functions Iy(-) and I(-) are the
modified Bessel functions of the first kind of orders 0 and 1,
respectively. We write Q < P¥ if limp_, o, [log Q/ log P] < «z,
and similarly for Q) 2 P~.

B. Autocorrelation Functions and Power Spectral Densities

We study the conditional and average autocorrelation func-
tions

A (t,1") = E[U.(t) U= (t')"| Uo(-) = uo(")] (D
A (1) = E[A.(t,)] = E[U.(t) Ua(¢)"] 2

where the bar above A, (t,t") specifies that we have taken the
expectation with respect to the launch signal Uy(-). As de-
scribed above, we often drop the subscript z for convenience,
e.g., we write A(t,t") for A,(t,t'). A basic property of the

autocorrelation function is A(¢,t") = A(t', t)*.
The PSD is defined as

P(f) = lim P(f,T) 3)
T—o0
assuming the limit exists, where

2

1
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C. Pulse Amplitude Modulation

We will sometimes consider pulse-amplitude modulation
(PAM) with time period T for which the launch signals are

t)=> apg(t—kT.) (5)
k

where the xj, are complex-valued modulation symbols and g(-)
is a pulse shape with unit energy. If the xz; are realizations
of a stationary discrete-time process, then the signals (B)) are
cyclostationary [13] p. 70]. That is, for all integers ¢, we have

A(t — T, ¥ — (T,) = A(t,t).

We may thus focus on the time-averaged autocorrelation
function

_ 1 [T
A(r) = - / At t— 1)t ©)
s Jo
and we have
P(f) = /00 A(T)e= 927 dr. @)

D. Additive White Gaussian Noise Channels

The classic way of dealing with noise for linear channels is
to use the AWGN model

ur(t) = ug(t) + n,-(t) 8)

where n,.(-) is a realization of the complex, circularly sym-
metric, white, Gaussian process N,.(-) with a one-sided PSD
of Ny Watts/Hertz across all frequencies. We will consider
thermal noise with Ny = kpT. where kg ~ 1.381 x 10723
Joules/Kelvin is Boltzmann’s constant, and where 7, is the
temperature in Kelvin.

The model (8) is artificial because n,(-) has infinite band-
width and infinite powerE] Of course, noise encountered in
practice has finite bandwidth and power, and the idea is that
the noise PSD is flat for frequencies much larger than those
of the processing capabilities of the transmitter or receiver.
An optimal receiver projects its input signal onto the linear
subspace spanned by the transmit signals, see Sec.

Consider next the bandlimited AWGN channel

ur(t) = (ug(t) + n.-(t)) * Wsinc(Wt) )

where * denotes convolution. One can convert this channel
into a discrete-time channel by sampling u,.(-) at the Nyquist
rate W Hz. The capacity under the average power constraint
T/2
Pr=— |U0
-T/2

dt <P (10)
"]

for large T is achieved by using PAM, sinc pulses, and
Gaussian modulation, and is given by [14} Sec. 25]

P
C(W) =W log, (1 + > bits/s. (11)
No
The value C increases with W, and we have
. P .
m}gnoo C(W)= A log,(e) bits/s. (12)

4The per-sample capacity of the AWGN channel is therefore zero.

In other words, capacity scales logarithmically with the signal-
to-noise ratio (SNR) P/(W Ny) with a bandwidth limitation,
and linearly with P/Ny without a bandwidth limitation.

The spectral efficiency is defined as

P
n(W) = =5 = log; (1 + WNO) bits/s/Hz ~ (13)

and we have (W) — 0 in the limit of large W. However, one
usually studies P = E /T, where E is the average energy of
PAM with sinc pulses that are offset by Ty = 1/W seconds.
We thus have
E .
n(W) = —— = log, (1 + ) bits/s/Hz (14)
No
which is independent of W. Note that this approach has a
transmit power P = E'W that grows with .

Remark 1: The constraint permits peaky or flash signals
with arbitrarily large amplitudes if 7' — oo. In practice,
however, the input amplitude is limited, i.e., we require
|uo(t)] < Amax for all ¢ and for some positive Ap,ax. The
capacity under an input amplitude constraint was studied
in [14) Sec. 26], for example.

Remark 2: Suppose Uy(-) has the PSD Py(-) so that the
power at the output of the channel () is

) Wi
PAW) = Wy + / Polf) df. (15)

—W/2
Suppose further that, instead of the launch constraint (10), the
receiver signal U,.(-) must satisfy P.(W) < P + W Ny. The
capacity of the channel (9) is then again (see [14} Sec. 29]
and [[15])
bits/s.

C(W) = Wlog, (1 + (16)

P
WNo

E. Hyperbolic Functions

We use the following functions with complex arguments:

S(c) = sech (\/% z) (17
T(c) = tanh( cz)/f (18)

where we suppress the dependence on z on the left-hand side
(LHS) of and (I8) for notational simplicity. As further
simplification, we write Sg(c) = R(S(c)), Sr(c) = I(S(c)),
Tr(c) = R(T(c)), and Ty (c) = S(T(c)).

Consider ¢ = —jx /2% where z is real and non-negative.
The following bounds are valid numerically, see Fig. [I] and [2}

IS(e)] <1, IT(c)| < =z
—0.136 < Sg(c) <1, 0<Tg(c)<z (19)
—0.028 < Sy(c) <z, 0<Ti(c) <(2/3)zz
For small x, we have
S(e)| =d,  |T(c)|>d-
Sr(c) > d, TR(C) >d- (20)
Sr(c)>d-z, Ti(c)>d- (2/3)
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Fig. 1. Plot of |S(c)|, Sr(c), Sr(c), and related bounds for ¢ = —jz/22.
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Fig. 2. Plot of |T'(¢)|/z, Tr(c)/z, Ti(c)/z, and related bounds for ¢ =
—jxz /22,

for a constant d that approaches 1 as = approaches 0. We
further have the following bounds, see Figs. [T and 2}

1S(c)| < VBe VE (21)
Ti(c) > gmin (:v \/15> (22)
Sr(c)? 3w

Ti(c) = 22 )

III. FIBER AND OA NOISE MODELS

A. Nonlinear Schrodinger Equation

Consider the slowly varying component a(z,7) of
a single-mode, linearly-polarized, electromagnetic wave
a(z,T)e??"/oT along an optical fiber, where = is the position,
T is time, and fj is the carrier frequency. The propagation of
a(z,T) in the signaling regime of interest is governed by the

stochastic NLSE (see [16, Eq. (2.3.27)])
,[‘32 62a

Jda « da T
B +§a+ﬂ1ﬁ TS a2 —jalfa—n=0
where « is the loss coefficient, 5 is the group velocity, (5o
is the group velocity dispersion parameter, and -y is the Kerr
coefficient. All of these parameters are frequency dependent
in general, but we neglect this dependence for simplicity. The
variables n(z,T) are realizations of noise random variables
N(z,T) whose characteristics we discuss below in Sec.

Remark 3: The wave propagation is sometimes defined
using the complex conjugate of a(z,T'). For example, this
approach is used in [2].

Remark 4: For signals with very large power and band-
width, one should include more effects such as self-steepening
and intra-pulse Raman scattering, see [16, Eq. (2.3.33) and
(2.3.39)]. We do not consider these effects here.

The NLSE is usually expressed using the retarded time
t =T — Bz and the amplified signal u(z,t) = e®*/2a(z,1).
Inserting these modifications into (24), we have the simplified
equation

Ou B 0%u

9. 72 o
where we abuse notation and write n(z,t) for n(z,t + $12).
A commonly studied version of (23) has & = 0 so that

ou P 0%u

8z J 2 Ot2
The model (26) has many interesting features. For example, if
B2 < 0 and there is no noise, i.e., n(t) = 0 for all ¢, then the
fiber supports bright solitons, see [16L Ch. 5]. However, the
general model seems to have no closed-form solution and, to
gain insight, one often studies channels without nonlinearity
(v = 0) or without dispersion (82 = 0) or without noise.

(24)

+ jylulPue % 4 nev/? (25)

+ jylulu+n. (26)

B. OA Noise Model

The signal n(z,-) in (24)-(26) represents OA noise. Two
common choices for OA are erbium-doped fiber amplifiers
(EDFAs) at specified positions along the fiber and distributed
Raman amplification [1, Sec. IX.B]. We consider Raman
amplification, and we observe that the noise statistics are rather
complex, see Appendix [A] We consider two noise models; the
first model is described in this section and is used in Sec. [II=C]
below. The second model is developed in Sec.[[II-D]and is used
in the remaining sections to analyze spectral broadening.

The usual approach is to model the OA noise n(z,-) as a
bandlimited Gaussian process with the same bandwidth B as
the OA bandwidth. The noise is assumed independent across
positions z so that we have the spatiotemporal autocorrelation
functionf)

E[N(z,t)N(Z',t')"] = K§(z — 2’) sinc(B(t — t'))

where K = N4 B is the noise power distance density (PDD) in
W/m, and where N4 is the OA noise power spectral-distance
density (PSDD) in W/Hz/m.

27)

5The transformation ¢t = T' — 31z does not change this equation.



More precisely, the accumulated noise at time ¢ is modeled
as a spatial Wiener process /K W (-,t) with W(z,t) =
(Wr(2,t) + jWi(2,t))/v/2 where Wg(-,t) and W;(-,t) are
independent standard real Wiener processes. A useful model
is that W (-, ) is the limit for large ¢ of the processes

=] 1
Wi(z,t) = —N;(t)
=2 7

where the time processes in the sequence {N;(-)}$2; are inde-
pendent and identically distributed (i.i.d.), complex, circularly-
symmetric, bandlimited, Gaussian random processes with
mean 0 and autocorrelation function

E[N;(t)N;(t')*] = sinc(B(t — t')).

(28)

(29)

Thus, Wy(z,t) and Wy(z,t") are correlated in general, and
from (28)-(29) we have the correlation coefficient

Lt ) — E [Wi(z, t)We(z,t')"]
Pt ) = Wi, DPTB Wi, O]
= sinc(B(t — t/))'

(30)

Observe that is independent of /, z, and the absolute time
t, so we use the notation p(t — t') instead of py(z,t,t').

C. Lossless and Linear Fiber Model

Consider (26) but with v = 0. Taking Fourier transforms,

the propagation equation is

o B

0z 72

where (z,-) and n(z, -) are the respective Fourier transforms
of u(z,-) and n(z,-). The solution of (1) is

(2, f) = @(0, f) d 2D 4 Ki(z, f)

where w(z, ) is the Fourier transform of w(z,-). Using the
noise model described in Sec. the process w(-, f) is a
realization of a spatial Wiener process if |f| < B/2, and is
zero otherwise.The channel filter is therefore an all-pass filter
with phase shifts proportional to f2; the frequency-dependence
of the phase is called chromatic dispersion. Furthermore, the
channel is noise-free outside the band |f| < B/2. This prop-
erty is problematic when considering information theoretic
limits of communication, see Sec. [[V-A] below.

=3}

2rf)*u+n 31

(32)

D. Lossless and Dispersion-Free Fiber Models
Consider but without dispersion. We have

% _ jrtuftu +n. (33)
0z
The formal solution of (33) is (see [2 eq. (11)])
u= {uo + \/l?u?} exp [jv/ lu(z', )| dz’} (34)
0

where the accumulated noise is

w(z,t) = /OZ n(z',t) exp [j’y/oz

’

lu (2", t)|2 dz"| dz'.

(35)

Suppose that n(z,t) is Gaussian with uniform phase and is
spatially white, as described in Sec. This means that
w(-,t) is a realization of a spatial Wiener process that is
independent of wug(t), see [2, eq. (13)]. One may thus write
the sampled output (34) explicitly as

u(z,t) = [uo(t) + \/Ew(z,t)}

z
exp {jv /
0

where w(-,t) is a spatial Wiener noise process.

However, the autocorrelation A, (¢,t’) involves the statistics
of two samples u(z,t) and u(z,t’), and the processes (-, t)
and w(-,t’) that define these respective samples might not
be jointly WienerE] The reason is that the exponential in
@]) decorrelates the noise, i.e., the temporal noise process
w(z, ) also experiences spectral broadening. As an additional
complication, the noise model of Sec. [[II-B] may not be
accurate for Raman scattering because the coupling of the
pump and propagating signals also decorrelates the noise. We
address Raman scattering in Appendix

To circumvent the difficulties, and to permit analysis, we
study the model (36) where w(-,¢) and w(-,¢') are jointly
Wiener processes for any ¢ and ¢’. This model seems reason-
able for small v, K, z, and P, but accumulated noise with
exponential terms such as in (33) deserve more study.

As a final remark, if we expand the quadratic term of
the exponential in , then we obtain three parts: a self-
phase modulation term |u(0,%)|?, a signal-noise mixed term
2VER{u(0,t)w(z’',t)*}, and a noise term K|w(z',t)|%. If
|u(0, )] is large, then the signal-noise mixed term will cause
large and random phase variations that result in uncontrolled
spectral broadening. Understanding this effect seems key to
understanding the nonlinear Shannon limit of optical fiber,
i.e., the limitation of the capacity [1]].

uo(t) + \/fﬁu(z’,t)‘2 dz'] (36)

I'V. RECEIVER MODELS

This section reviews two classes of receiver models. The
first class is the per-sample models studied in [2], [3], [4],
[S1, [6ll, [7]. The second class is the filter-and-sample models
that are commonly used in information theory [17, Ch. 8.1].
For the latter models, we will study receivers that we consider
to be of engineering relevance, namely bandlimited receivers
and time-resolution limited receivers, both with thermal noise.

A. Per-Sample Model and Unbounded Capacity

The capacity of the channel is well-understood. For
example, if the launch signal @(0,-) can have energy outside
the noise band, then the capacity is unbounded for any launch
power [12| Thm. 5]. The purpose of this section is to show that
the nonlinear model (36) can also have unbounded capacity,
which suggests that the per-sample model gives limited insight
for realistic receivers, see Sec.

Consider T' < 1/B < T and the launch signal

u(0,t) =z g(t —T/2) — 2x g(t — 3T/2) 37

6 At times ¢ and ¢/ for which p(t—t') = 0, the accumulated noise processes
w(-,t) and W(-,t') are statistically independent and hence jointly Wiener.



where z is an information symbol and g(-) is a rectangular
pulse of unit norm in the interval [0,7). We claim that, for
small 7, the launch bandwidth is described mainly by 7’ and
not 7. We have

(0, /)l = || - 1g()] - V/5 — dcos(2m fT)

where g(-) is the Fourier transform of g(-). Choosing small T
thus does not increase the launch bandwidth, e.g., if one uses
a measure such as the band having 99% of the power.

We now choose T" < 1/B so that the noise variables at
t =0, T, 2T are approximately the same, i.e., we have

(38)

w(z,0) =~ w(z,T) ~ w(z,2T).

We can make the approximations as accurate as desired by
choosing sufficiently small T'. Let w(z,0) = wg + jwy and
suppose z is real. We choose a 3-sample receiver that outputs

vo = u=(0)* = K (w} + w?) (39)
2
y = lu(z D) ~ (2/y/To+ VEwr) +Ku}  (40)

v2 = (=, 20) % (/o + VEwr) + Kui @)

and compute

(42)

.132 ~ Ts (yl ;yQ — yo)

to any desired accuracy by choosing sufficiently small T'. This
means that, for the launch energy z%(1 + 4T/T) ~ x?, we
can achieve any rate by choosing sufficiently small 7'. In other
words, the capacity is unbounded for any launch power.

Remark 5: The reader might consider this example unsatis-
factory because it requires rapid signaling. In fact, the example
does not work with sinc pulses, yet it seems artificial to limit
attention to such pulses. The main purpose of the example is
to show that bandlimited noise has pitfalls when dealing with
capacity, and that care is needed in treating bandwidth [18].

Remark 6: The above observations apply also to the full
NLSE model of Sec. For example, at small launch power
the channel is basically an AWGN channel with bandlimited
noise.

B. Filter-and-Sample Model

A natural approach to circumvent the infinite-capacity prob-
lem of bandlimited noise is to add AWGN to the nonlinear
model @ In other words, the new model has two noise pro-
cesses: the bandlimited distributed OA noise and the receiver
AWGN. More precisely, consider a receiver that operates on
a noisy signal

ur(t) = u(z, t) + n,(t) (43)

where n,.(-) is the same as in (8).
Now consider the set L2[0,T] of continuous and finite-
energy signals in the tim interval [0,7]. This set has a

7One may also consider the set of continuous and finite-energy signals in
a frequency interval.

complete orthonormal basis {¢,,(-)} -_, and one usually has

a receiver that puts out a finite number of projection values

T
Y, = /0 U (2, )b (£)* dt

T
=Zm +/ U(z,t)pm(t)*dt (44)
0
for m=1,2,..., M where
T
T = / No ()b (t)"dt. 45)
0

In other words, Z1,Zs,...,Zy; is a string of statistically
independent, complex, circularly-symmetric, Gaussian random
variables with variance Ny. The set {Y,,}}_, of measure-
ments forms a set of sufficient statistics if every possible
signal u(z,-) lies in the subspace spanned by the signals
{qﬁm(-)}f\le. Otherwise, one must let M — oo in general.
We refer to the above model as the filter-and-sample model
to distinguish it from the per-sample model.

Remark 7: An alternative to introducing receiver thermal
noise is to assume that u(z, -) has spectral components inside
the OA bandwidth only. However, this approach prevents
considering finite-time pulses such as rectangular pulses.
Furthermore, spectral broadening prevents u(z,-), z > 0,
from remaining strictly bandlimited even if «(0, ) is strictly
bandlimited.

Remark 8: A second alternative is to study OA with infinite
bandwidth but with a finite PDD of K W/m. Another way to
think of this is that the noise PSDD is N4 = K/B W/Hz/m
and one considers the limit of increasing B. This is effectively
what was done in [2 Sec. IV], and we develop results for this
model in Appendix [} The model is artificial but it has two
useful features: the analysis greatly simplifies and the model
gives insight into systems where the optical noise process has
much larger bandwidth than the signals propagating along the
fiber. Related studies on models with white phase noise can
be found in [19], [20], [21]].

Remark 9: We show in Appendix |G|that the nonlinearity can
increase capacity. The idea is to use the nonlinearity to con-
vert amplitude-shift keying (ASK) to orthogonal frequency-
shift keying (FSK). We remark that orthogonal FSK achieves
capacity for large bandwidth W [13| p. 207] and that capacity
grows linearly in launch power for large W, see (12).

C. Bandlimited Receiver

We will consider two receivers that are related. The first is
bandlimited to W Hz, i.e., the receiver collects energy in the
frequency band f € [-TW/2,TW/2] only. The average receiver
power after filtering is (see (13))

wW/2
P.(W) = / P(f)df. (46)

—-W/2
Note that we have not included the noise N,.(-) in P,(W);
this noise will contribute an additional W N, Watts.
For convenience, we define (see (@)

w/2
rovn) = [ Py 7)

—W/2



To later help us bound P,.(W,T), we upper bound the PSD
of unit height in the frequency interval [—W/2, W/2] by

) o
b(f):{?,(l W) =W (48)

else.

The motivation for this step is to ensure that the absolute value
of the corresponding time signal
b(t) = 2W sinc (Wt)? (49)

integrates to a finite value for ¢ > 0, namely the value

/Oo|b(t)\dt: 1.
0

Inserting (@8) into @7), we have

(50)

_ W — ~
P(W,T) < / PG b

1 T/2 [T/2
= —/ / A(t, ") b(t — t') dt’ dt.
T J_rs2)-1/2

For cyclostationary signals, we obtain

(D

P.(W) < /OO A(T) b(T) d.

— 00

(52)

D. Time-Resolution Limited Receiver

The second receiver is time-resolution limited to 7;. seconds
where T,. < T,. More precisely, we consider a normalized
integrate-and-dump filter over 7). seconds. The energy output
by the receiver is

2

En(T,) =E Uo(+) = uo(")

(m4+1)T, 1
—=U(t)dt
/’mTT V Tr ( )

1 (m+1)T,  p(m+1)T,
= — / A(t,t") dt’ dt. (53)
TT mT, mT,
Thus, the average energy is
B 1 (m4+DT,  p(m+DT.
E,(T,) = —/ / A(t, t")adt' dt.  (54)
TT mT,. mT,

The value E,,(T;) is closely related to the right-hand side
(RHS) of (B1).

Remark 10: One can build a receiver with time-resolution
T,./2 seconds with two receivers with time resolution 7.
seconds by offsetting their integration times by 7;./2 seconds.
Thus, it might make more sense to state that our receivers have
limited time precision. Similarly, one can build a bandwidth
2W receiver with two bandwidth W receivers whose center
frequencies are offset by W Hz. Of course, these approaches
increase complexity and cost, and in practice one is limited
by the available receivers.

V. AUTOCORRELATION FUNCTION
The following theorem is our main analytic result. Consider

c=—jy(K/2)V1-p? (55)
so that in Sec. we have ¢ = —jx /2% where

r=y(K/2)2%\/1 — p2. (56)

Theorem 1: The conditional autocorrelation function (I)) of

the signal (36) when w(-,¢) and w(-,t’) are jointly Wiener
processes for any ¢ and ¢’ is

A(t,t) = |S(0) [Tr(e) K p+
S](C)

\/17_7(“0 - P%))
(sR@ua i - PU0)> ]

exp (J7 Tr(e) [Juol® — |up|?])

T
exp (vf(c)pQ[luOl2+ [ul* — 2pR{uoug’ ]>. (57)

Proof: Expression is derived in Appendix [E] by using the
development in [2] that is reviewed in Appendices [

Remark 11: The first exponential of describes self-
phase modulation (SPM) and the second exponential is due to
signal-noise mixing. The argument of the latter exponential is
real, non-positive, and decreases with the instantaneous powers
lug|? and |uj|? of the launch signal unless ¢ = t'.

Example 1: Consider v = 0 so the channel is linear. We
have ¢ =0, S(c) =1, T(c) = z, and therefore

At t") = Kzp(t — t') + uo(t)uo(t')*.

<5R(C)Uo +J

(58)

Example 2: Consider t = ' so that ug = up, p=1, c =0,
S(c) =1, T(c) = z, and therefore

A(t,t) = E[|U.(8)]*| Uo(t) = uo(t)]

= Kz + |ug(t)]%. (59)

The instantaneous power is thus preserved, see (36).
Example 3: Consider ug(t) = 0 for all ¢. The noise
autocorrelation function is

At,1) = |S(0)PTr(c)Kp (60)

and for ¢t # t' the value |A(t,¢')| first increases but even-
tually decreases as z grows. This means that the noise PSD
eventually broadens with z. However, one usually operates in
regimes where |c| is small so that A(¢,t') ~ Kpz.

Example 4: Consider ug(t) = v/Pe/*® for all ¢, i.e., the
launch signal has constant envelope. We compute

A(t,t)

2
= |52 [TRK;H- Pel®a <5123 + T flPQ (1 — pej‘m)z)}

exp <—71Tip22P 1- pcos((bA)])

where ¢a (t,t') = ¢(t) —p(t'), and where we have suppressed
the dependence on ¢, ¢, and ¢’ for notational convenience.

(61)



A. Low Noise-Nonlinearity-Distance Product

A commonly studied regime is where the noise and/or the
Kerr coefficient are small with respect to the distance. More
precisely, we consider /K z2 small enough so that

S(c) 1 —2¢(22/2) = 1+ jyK\/1 — p2(2%/2)  (62)
T(c) =z —2¢(2*/3) = 2 + jyK/1 — p2(2*/3)  (63)

are accurate approximations for the various constants in (57).
The autocorrelation function is thus approximately

Aw.#) = (Ko +uois + 71505 (ol = 17
exp (+jvz [Juol> — |up|?])
exp (=5 lluol + lupl? — 2pR{uouis 1) (64)
where
k=27 K2%/3 (65)

and where we have kept up to second oder terms in /v K 22.

B. Bounds on the Autocorrelation Amplitude
Consider the argument of the last exponential in for
which we have
Juol® + ug|* — 2pR{uoug’}
= [ug — puol® + [uol* (1 = p?) . (66)
Now suppose that |ug| > |ug| so that

luo — pug| < 2|ug
lug — puo| < 2|uol.

We may use (66) and with to bound

(67)

2
|A(t, )] < | Kz + |uo)? (1 + 2|SI(C)>

V1—=p?
exp <—’YTI(C) Jug|*v/1 — P2>
< [Kz+ Juo|? (1 +sz2)2}

exp (_'YTI(C) \Uo|2m> :

We further have 7K 22 a~ 0.017 for certain parameter ranges
that we are interested in, see Table[I]

Remark 12: The amplitude |A(t,t’)| captures the influence
of signal-noise mixing, but it removes the SPM exponential
in (37). The reason for focussing on signal-noise mixing
is because this effect cannot be controlled, other than by
reducing power, as opposed to the deterministic effects of SPM
and cross-phase modulation (XPM). However, in a network
environment, the XPM cannot necessarily be controlled either,
and interference can be the main limitation on capacity [1].

The bound (68)) is useful when B and K = BN 4 are fixed.
However, we will also be interested in scaling B with the
launch power. To treat such cases, we keep the |S(c)|? term

(68)

from (57). We further use (66) and its symmetric counterpart
to write

Juol* + |ug|* — 2pR{uoug'}
_ g — puol® + Juo — pug? | Juol® + |ug|? (1
2 2

_ 02) .
(69)
We now use (I9) to bound

At )] < 1S [K=+

L Tr(e) lug—pup|?
<|u0| + |SI(C)|2 |u0 _pU6|€ V\/ﬁ . >
Vi—p

Si()

) ) . \11,6—;u0\2
] + A fuy — pugl e V=2
Vi—p

2 /12
MP(JﬂHQHOE;%| 1—ﬁ>~ (70)
Applying (244) in Appendix [J]] we have
[A(t,)] < 1S()* [Kz + (luo| + 0) (Jug| + )]
2 /12
exp <—7T1(c>|”0|;|“°| - p?) (71)
where
2
5= Sife) . (72)
v Tr(c)y/T— 12
Using (23) with (56), we have
3K
5 < “xl4x1078 (73)
e

where the approximation is for the parameters of Table |I} We
here have |ug| + 0 & |ug| for “large” signal powers such as
lug|? > 1 x 1073 Watts (or 0 dBm).

VI. RECTANGULAR PULSES

Consider rectangular pulses, for which the SPM term

exp (j’yTR(C) [|Uo|2 - |U6‘2])

in is unity. Rectangular pulses are thus convenient for
studying the spectral broadening characterized by the signal-
noise mixing exponential in (7).

Consider the fiber parameters shown in Table [I| (see [1,
Tables I-I11]). We have /~vK 22 = 0.130 so that the approx-
imations (62)-(64) are accurate. We further have x = 28.6 so
that the second exponential of (64) is small (less than 1/e) for
power levels beyond |ug|? = |uj|?> = 1/k ~ 0.035 Watts (or
15.4 dBm) if p = 0.

A. Isolated Rectangular Pulse

Consider an isolated rectangular pulse

wo-{ 7

t| < T /2

else 74



TABLE I
FIBER PARAMETERS
Nonlinear coefficient ~y 1.27 (W-km)~ T
Fiber length 2000 km
Temperature T, 300 Kelvin
Receiver noise PSD Ny 4.142 x 10~ 21 W/Hz
OA noise PSDD N4 6.674 x 10~2% W/Hz/m
OA bandwidth B 500 GHz
0
—P=10 mW, t'=0
— — P=10 mW, t'=5.1 ps
10 P=100 mW, t'=0
P=100 mW, t'=5.1 ps
—P=200 mW, t'=0
-20 - — — — P=200 mW, t'=5.1 ps
:’_: —P=400 mW, t'=0
i/ 30 - — — P=400 mW, t'=5.1 ps
e
8 a0t |
o
_50 = 4
-60
/
AL AN VA |
-10 -8 -6 -4 -2 0 2 4 6

Fig. 3. |A(t,t')| in dB for the pulse (74), ¢’ = 0 and ¢ = 5.1 ps, and
P — 10,100, 200, 400 mW.

that has energy PT; Joules. The approximation (64) is
At t) =

(Kpz+ P) e rP=r), <L |t <%
2 . K
Kpz+ jyKp5 P)e*PemaP i <L || > &
Kpz— jyKp5 P) e 7 Pe 5Pt > T ¢/ < %
Kpz, it > L, t] > L.
(75)
For example, for a linear channel we have v = 0 and

Alt,t) = { Kpz, else. (76)

We choose Ts = 10 ps to correspond to the symbol rate of
100 Gbaud.

Fig. 3| shows |A(¢,t')] in dB for ¢/ = 0 and ¢’ = 5.1 ps,
and for P = 10, 100, 200,400 mW. The plot of the amplitude
of the approximation (73) is visually indistinguishable from
the exact expression (37). At low power, A(t,0) is almost
the same as the pulse shape and A(t,5.1 ps) is close
to Kpz. However, for P = 10 mW the function |A(%,0)]
already has a small bulge at ¢ = 0. We have thus entered the
nonlinear regime where signal-noise mixing causes spectral
broadening. As the power increases further, 10log, |A(%,0)]
develops a sinc pulse shape in the range ¢t = [—5, 5] ps due to
the exponential factor e=*F(1=) The narrow autocorrelation
function for P = 400 mW implies that the spectrum has
broadened considerably.

0
—t'=0
t'=5.1 ps
10 F — — t'=0, simulated
— — t'=5.1 ps, simulated
-20 I ps
= = 7
Z 30
=)
8 40
=4 ~ /7
" 50 AYaVAY
- \ / V|
/|
B m
70 | | | | |
- -4 -2 0 2 4

t [ps]

Fig. 4. Computed and simulated |A(¢,¢')| in dB for the pulse (74), ¢’ = 0
and ¢/ = 5.1 ps, and P = 100 mW.

Fig. [ shows the exact and simulated autocorrelation func-
tions for P = 100 mW. The simulated curves are for the
averaged A(t,t') from 10* Monte Carlo simulations of the
noise. The curves are in good agreement; note that the y-axis
is logarithmic.

B. PAM with Rectangular Pulses and Ring Modulation

Consider PAM in (5) with rectangular pulses that are time-
limited to [0,7}). We study a constant amplitude v/P, and
a phase that is uniformly distributed over [—m, ), i.e., ring
modulation or phase-shift keying (PSK). Using (64) with
uo(t) = VPel®® and ug(t') = VPel®t) we have

A(t, 1)) = (Kpz + Pel®a) emnPUmpeos®a) —(77)

where 5 = ®—®'. If t and ¢’ are in the same symbol interval,

then we have ®5 = 0; otherwise ® and @’ are independent

and ® is uniform. The average autocorrelation function is

therefore

o [ (Kpz4 P)eP0-n),

A(t,t') = —KP
[Kpz 1y (kPp)+ PI, (kPp)le "t

dr =0
else.
(78)

Note that A(t, ') is real-valued. We further compute the time-
averaged version of to be (see (6))

A(r) = (1 - |;|) (Kpz+ P)e rP01=r)
+ g [Kpz Iy (kPp) + P I, (kPp)le "F  (79)
for |7] < T, and otherwise
A(T) = [Kpz Iy (kPp) + P I, (kPp)le™"F.  (80)

Note that A(7) is a real-valued and even function of 7.

A plot of | A(7)| is shown in Fig.[5| along with the amplitude
of the average autocorrelation function from 10* Monte Carlo
simulations of the random signals and noise. The simulations
were performed using (36) where w(-,t) and w(-,t’) are
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Fig. 5. Approximate and simulated |A(T)| in dB for PAM with rectangular
pulses, ring modulation, and P = 100 mW. The dash-dotted curve shows
| A(7)| for the same channel except that = 0.
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Fig. 6. P(f) in dB for PAM with rectangular pulses, ring modulation, and
P = 10,50,100,500,1000 mW. The dash-dotted curve shows P(f) for
P =10 mW and v = 0.

jointly Wiener processes for any t and #'. Observe that |A(7)|
accurately matches the simulations. The dash-dotted curve is
for v = 0, and it shows that the nonlinearity has caused
substantial narrowing of the autocorrelation function, i.e., there
is substantial spectral broadening.

This phenomenon is clearly apparent in Fig. [6] that plots the
PSDs P(f) for P = 10, 50,100, 500, 1000 mWﬂ as well as
the PSD when P = 10 mW and v = 0. Recall that the OA
bandwidth is B = 500 GHz, and observe that P(f) is large
well-beyond this frequency already for P = 100 mW. The
model is therefore inaccurate at this launch power since the
OA compensates attenuation only for frequencies up to B.

Remark 13: The received signal energy is A(0) = A(0) =

8The PSDs were computed with (79)-(80).

Kz + P, and as v — 0 we have

A(T) — {

The same limiting expression (§1) is valid for A(7).

Kpz + (1—‘%) P, |7 <Ts
Kpz,

(81)
else.

VII. POWER, BANDWIDTH, AND ENERGY BOUNDS

This section studies the power and energy at the output of
bandlimited and time-resolution limited receivers. The analysis
ultimately lets us bound the propagating signal bandwidth as
a function of the launch power. A simple but useful bound for
low launch power is

P.(W,T) < P.(c0,T)=Kz+Pr < Kz+ P (82)

where the second inequality is from (T0).

A. Bandlimited Receiver

Consider (31) and split the double integral into three parts:
one where |ug| > |ug|, one where |ug| < |ug|, and one where
|ug| = |ug|- The first two double integrals are identical due
to the symmetry in the arguments of the integrand, i.e., for
every pair (t,t') = (t1,t2) where |ug| > |ug| there is a pair
(t,t) = (t2,t1) for which |ug| < |ug| and

|A(ty, t2) b(t1 — t2)| = |A(t2, t1) b(t2 — t1)].

In other words, using (31) we have

T/2 T/2
(W, T) < 7/ / Y] dt'dt
T/2J-T/2
:—/ |A(t,t')b(t —t')| dt’dt
T /)1,
+l/ |A(t, t") b(t —t')| dt'dt (83)
T/))z,
where
Iy ={(t:;t) : luo| > lugl, [t| <T/2, [t'| <T/2}  (84)
Lo = {(t,1) « fuo| = lugl, [t| < T/2, |t'| <T/2}.  (85)

We further have |A(t,t')| =
Thus, using and |ug| >
we have

[E[A® )] < E[AQR ).
lug| for all (¢,¢') € Iy U I,

- 1 [T/2
v < [ ERWTE 56
T J 7

where

P.(W,T,t) =2 [Kz+ (\/Ft+6)1
/T/2 \/7> lb(t —t')| dt’
)

(87)
and where we have defined P, =

15(6)/2 exp ( 2 Tie

Juo (t)]*.



B. Bounds on the Instantaneous Received Power

Recall that W is the receiver bandwidth and B is the OA
bandwidth. In Appendix we prove the following lemmas
that bound the instantaneous received power P.(W,T,t). We
distinguish cases where = > 1 cannot or can occur.

o Lemma [2] applies to the usual case with W < B and low
noise-nonlinearity-distance product, i.e., y(K/2)z? < 1.
o Lemma [3|is for W < B and v(K/2)2% > 1.
o Lemmald]is for W > B and v(K/2)2% < 1.
We do not consider the case W > B and v(K/2)2% > 1
because this case is slightly more complicated than the others,
and because we are mainly interested in W < B.
Lemma 2: If W < B and v(K/2)2% < 1, then we have

PW,T,1) <4 |Kz+ (VP +0)%]

2W/B VT o e o—VAKZ~(r/9)P;
=57 f(\/( /S)Pt)+5 1
(83)

Lemma 3: If W < B and v(K/2)z? > 1, then we have

P.(W,T,t) < 4 [Kz+(\/f>t+5)2:|

2W/B VE
Qiz@f +5e_\/@_mﬂ (89)

Lemma 4: If W > B and (K /2)z? < 1, then we have

P.(W,T,t) < 4 [KZ + (VP + 5)2}

2W/B /7 B
WT rf< (k/8) Py W)

41 <1 _ B) o~ (R/R)PU(B/W)? 56—\/vxz2—(m/9m] .
W

4
(90)

Remark 14: The above bounds are valid for any launch
signal. The bounds may be very loose, e.g., for launch signals
with bandwidth larger than B.

Remark 15: We have

(V7/2) erf(y)

y, small |y
erf(y) = 1 oD

large y.

~
~
~
~

Thus, for large P;, the received power scales at most as v/P;
for all the regimes considered in Lemmas The power
loss factor of 1/4/P; is due to signal-noise mixing, and the
square-root character of the power loss is due to the quadratic
behavior of p(t —t') = sine(B(t —t')) near ¢t = t’. The shape
of the OA noise PSD thus directly affects the power scaling.

Remark 16: For small P, or small v, we know that the
instantaneous received power P.(W,T,t) can be Kz + P,
as we expect for a memoryless, noisy, linear channel. For
example, for small P; the RHS of approaches

4 [Kz—i— (x/ﬁmsﬂ [2W+5e\/7’(7 .

B 92)

Note that 1¥/B can be small but the term 5~V 75" is larger
than one if v(K/2)2? < 1. However, for v(K/2)2% > 1 and
small P;, the RHS of (89) approaches

2 29 W
4 [Kz—i— (VP +9) } LK% =
Now the receiver may put out less power than Kz 4 P, due
to the large noise-nonlinearity-distance product.

Remark 17: If B is very large, then the W/B terms in
(88)-([@0) are small. We may thus encounter P, (W, T, t) with
an exponential behavior in P;, see Remark [§] and Appendix [F

Remark 18: The case W > B has the receiver measuring
signals in bands where there is no attenuation yet the noise
is small, as discussed in the introduction and Sec.
Moreover, for fixed P, fixed B, and large W we approach
the regime of the per-sample receiver where (O0) becomes

P.(c0,T,t)
< [K2 4 (VP 467 [0+ 200 VIRF-6/9R] - 9a)

The correct answer on the RHS of (94) is Kz + P;; the extra
factors are due to loose bounding steps that were designed for
large P;.

+5e" VYK (93)

C. Bounds on the Average Received Power

We continue to study the case W < B as the range
of practical and theoretical interest. We would next like to
develop a bound on the average received power P,.(W,T) as
a function of the maximum average launch power P, see (10).
For this purpose, define the function

F(s,P) = [Kz+ (\/13+5)2} */jel‘"f(\/? (95)

and an offset power P, = 3(Kz + 62). In Appendix we
prove the following lemmas.
Lemma 5: If W < B and v(K/2)2% < 1, then we have

(WT)<c1+—f( P+P,) (96)
where
c1 = 20 Kz+52+\/ 6+3 “VEE? (97)
KRe

Furthermore, the RHS of is non-decreasing and concave
in P.

Lemma 6: If W < B and (K /2)z? > 1, then we have

_ w 16(W/B) 1
<

PT(I/VaT)f BCZ+63+ ’)/KZ2 f BKZ’P—’_PO

(98)
where
oy = 100 Kot 6%+ 6K25+\/EKZ
~K 22 V e
c3 =20 |Kz+ 6%+ ( > 0+ 202{] e~ VK22
ve

99



Furthermore, the RHS of is non-decreasing and concave
in P.

Remark 19: The values ¢y, co, and c3 are independent of P
and W, but they depend on B, 7, and z.

Remark 20: The RHSs of (06) and (08) scale as /P for
large P.

D. Propagating Signal Bandwidth

We proceed to develop a bound on the propagating signal
bandwidth, which we also write as W (in the previous sections,
the parameter W represented the receiver filter bandwidth). We
are particularly interested in large P where spectral broadening
occurs. We interpret the regime W < B as being “practically
relevant” and W > B as being “impractical”ﬂ

The average total received power for a linear channel is
Kz+ P. Suppose we require that 99% of this power is inside
the band f € [-W/2,W/2], i.e., we require

P.(W,T) > 0.99(Kz + P). (100)

We remark that the value 99% is not crucial; the results below
remain valid for any other choice near 100%.
Consider first W < B and v(K/2)z? < 1. Combining (96)
and (T00), and using erf(y) < 1, we have (see ([230))
W _099(Kz+P) -

B = 8f(r/8,P + )

S {0.99(Kz+ P) —c1} /(k/8) (P + PO)'
B 8[Kz+ (VPF P +9)

Thus, for fixed B and large P, we find that W scales at least
as a constant times v/P. This means that there is some power
threshold for which W > B. We conclude that the model loses
practical relevance beyond some launch power threshold.

An upper bound on the threshold follows by computing
the P for which the RHS of is one. For example, for
the parameters in Table [l we compute P < 18.6 Watts.
However, the power 18.6 Watts seems unrealistically large,
which suggests that our bounds are very loose. Fig. [f] also
suggests that the bound is loose, since there is substantial
spectral broadening already at P = 50 mW. However, recall
that the bounds (T0I)-(T02) are valid for any launch signal, and
not only PAM with rectangular pulses and ring modulation.

Consider next W < B and v(K/2)z? > 1. Combining (98)
and (T00), and using erf(y) < 1, we have

w 0.99(Kz + P) — ¢3

(101)

(102)

- = (103)
Bt el (e P+ )
{0.99(Kz+ P) —c3} VP + P, (104)

> )
coVP+ P, + /32 [}(z + (VP + P, +—6)2]

Thus, for fixed B and large P, we again find that W scales
at least as a constant times v/P. We again conclude that the
model loses practical relevance beyond some launch power
threshold.

This definition does not always make sense, e.g., for very noisy signals
where the useful part of the signal has small bandwidth.

E. Distributed Amplification Bandwidth

The bounds (TOT)-(104) let us study whether we can in-
crease the range of practically relevant P by increasing B. We
show that this is not possible in general. In fact, as B increases
we must limit ourselves to progressively smaller P, while at
the same time dealing with more noise power Kz = Ny Bz.

We study the following problem. Suppose the OA band-
width scales as B = PP for some non-negative constant f3.
For large P, we thus study the case y(K/2)z? > 1 where the
relevant bounds are (98) and (I03)-(104). Note that K, , and
P, are proportional to B, while ¢ is proportional to v/B. Thus,
co remains a constant and c3 vanishes for large B. Inserting
B = P? into (98), the scaling behavior of P,.(W,T) for large
P is bounded as
p=38)/2
P,

0<p<1

B8 >1. (105)

Rw) £
The average receiver power thus decreases with the average
launch power if 8 > 1/3 and P is sufficiently large.
Next, inserting B = P? into (T03), the scaling behavior of
W is bounded as

w2

The condition W < B for large P requires P(1+38)/2 < pB
for0 < p <1, or P28 < PP for B > 1, neither of which is
possible. We conclude that there is no scaling of B through
which we can make the model practically relevant for large
launch power.

pa+38)/2,
P25,

0<p<1

8>1. (106)

F. Time-Resolution Limited Receiver

Bounds for the time-resolution limited receiver can be
developed using the same steps as those for the bandlimited
receiver. For instance, using the same steps as in (83)) but with

(54) rather than (51), we have the analog of (86)-(87), namely

B 1 [mtDT,
B(T)) < = / BB, (T 0] dt (107)

TT mT,.

where

sut=afre (v
/<m+1>TT S(c)]? exp (—’y T,(C)Ztm> gt

mT,
(108)

Next, by following similar steps as (203)-(208) that were used
to derive (88)), for 7, > 1/B we have

Emﬂbw§4{Kz+hﬁ§+&ﬂ

1/B 7
(k/8)P; 2

+5 (TT - ;) e—WKZZ—“/Q)Pt] . (109)

Note that there is no extra factor of two in front of the erf(-)
term, cf. (88), because we do not need to use the filter {@8).



For T, < 1/B, we have
Ep(Ty,t) <4 [Kz+ (VP +6)?]
—erf( (K/S)PtBTT) (110)

which is simpler than because there is only one integration
interval, rather than four as in Appendix [H] see 214). As
before, for large P; the energy E,,(T,,t) scales at most as
V/P;. The same claim is valid for the average energy E,, (7))
by using the concavity steps in Appendix [H] see (224)-(228).

Remark 21: The time resolution 7, must scale to zero at
least as fast as 1/4/P; to have the RHS of (TT0) scale as P;.

Remark 22: Consider PAM and fixed P;. As T, decreases
to zero, the RHS of (T1I0) becomes

4 [Kz + (VP + 5)2} T,

which decreases to zero. However, there are 7 /7, samples
per transmitted symbol, so the energy collected per symbol is
proportional to 7.

Remark 23: If v — 0 then the RHS of (II0) becomes
4(Kz + P,)T,. This is loose by a factor of four: a factor of
two is from the step corresponding to (83), and another factor
of two is from the step corresponding to (208)(b) where the
interval Z; was enlarged. We show in Appendix || how to im-
prove these steps to obtain the expected (K z+ P;)T,. for PAM
with rectangular pulses, ring modulation, and 7, = Ts = 1/B.

(111)

VIII. CAPACITY UPPER BOUNDS
The capacity result implies that

P.(W ,
CW)/W < log, (1 + W(No)) bits/s/Hz.

We may thus use (82), (96) and (98) to upper bound C'(W).
Consider the fiber parameters in Table || and the receiver

bandwidth W = B = 500 GHz. We study both the normalized
capacity (I12) and the spectral efficiency

(112)

(W) .
= ———— bits/s/H 113
" max (W, Wiin) 1Sz (113)
where Wy, is the smallest received signal bandwidth that

satisfies (TOT).

Fig. [/| shows the resulting bounds as the curves labeled
“Upper bound” and “n bound”. We also plot a lower bound
from [1, Fig. 36, curve (1)]. This bound was computed for
5 WDM signals, each of bandwidth 100 GHz, but with
dispersion and optical filtering (OF). The upper and lower
bounds are thus not directly comparable at high launch power.
However, at low launch power both channels are basically
linear and have the same capacity. We remark that we have
shifted the lower bound by 10log,,(5) ~ 7 dB to the right,
since the P;;, in [l Fig. 36] is the power per WDM channel.

We comment on the behavior of the curves.

e The upper bound increases with P.

o The model is no longer practically relevant according
to (I0I) for P > 18.6 Watts, or 42.7 dBm. This bound
is shown as the vertical dashed line in Fig. [/| The real
threshold for practical relevance is much lower.
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Fig. 7. Normalized capacity bounds for dispersion-free fiber with B = 500
GHz and W = 500 GHz. The curves “Upper bound” and “n bound” are
computed with the RHS of (TI2) and (TT3), respectively. The curve “Upper
bound 2” is computed with the RHS of (IT3). The lower bound is from [T}
Fig. 36, curve (1)].

o The upper bound has two parts. The part on the left (small
to large P) up to the vertical dashed line is based on the
known bound (82). The part on the right (very large P)
is new and is based on (96).

o The bound (@6) seems useful only when the model is
no longer practically relevant. However, this behavior
is an artifact of choosing W = B; if W < B then
(©6) can be better than [82) to the left of the power
threshold. Furthermore, it is the bound @[) that provides
the threshold in the first place.

o The upper bound is far above the lower bound from [}
Fig. 36]. This suggests that the upper bound is very loose.

o The upper bound seems extremely loose for small P.
To understand why, observe that for small P the RHS

of (T12) is

log, (1 +

z ) ~ 11.7 bits/s/Hz.

114
W Ny (114)

In fact, we expect that Kz should appear in the denom-
inator of the SNR in (I12) and (I14), and not in the
numerator. This issue is discussed in Sec. below.

« Beyond the threshold, P.(W) scales as v/P. The slope
of the bound thus changes from approximately 3 dB per
bit to 6 dB per bit. However, we expect that the signal
phase cannot be used to transmit information at large
P, cf. [4, Sec. VLA] If this is true, then C(W)/W
eventually scales at most as %log P, and the slope of
the upper bound becomes 12 dB per bit.

« The upper bound on decreases rapidly beyond the
power threshold because of spectral broadening.

A. Rates with OA Noise

One might expect that a Kz term should appear in the
denominator of the SNR in (I12). However, we have so far
been unable to prove this for the model (36). The difficulty is



related to the signal-noise mixing, the bandlimited nature of
the OA noise, and to the discussion in Sec.

However, suppose the propagating signal remains inside
the OA band, as required by the inequality W < B. Sup-
pose further that the propagating signal is accurately char-
acterized by considering only frequencies within the band
f € [-W/2,W/2] for all z. We can then apply the theory
in [22], [23] to improve to

P.(W)+ WNg
Kz(W/B) + W Ny

Consider again the fiber parameters in Table [ and W =
B = 500 GHz. Fig. [7|shows the resulting bound on C'(W) /W

as the curve labeled “Upper bound 2”. We comment on the
behavior of the curve.

CW)/W < log, ( ) bits/s/Hz. (115)

o The upper bound now seems reasonable for small P.

e We do not plot the upper bound or spectral efficiency
beyond the power threshold of 42.7 dBm because the
signal no longer remains inside the OA band, and hence
the theory of [22], [23] does not apply. In fact, substantial
spectral broadening occurs at much smaller launch power,
so this theory is more limited than suggested by Fig.

B. OA Bandwidth Scales with the Launch Power

Although the models are impractical for large launch power,
we can nevertheless follow [3]], [4]] and study the capacities of
the mathematical models for large P. For example, suppose
B scales as /P, which is a lower bound on the spectral
broadening scaling, see (I06). The motivation for studying
this case is to better understand the limitations of spectral
broadening. We may use the bounds (96) and (@8) to upper
bound the receiver power, and we can apply the capacity
bounds (T12) and (T13).

Consider again the fiber parameters in Table [[] and the
receiver bandwidth W = 500 GHz. However, based on (104)
and large P, we now scale the OA bandwidth as B =

W max (1, w/,%13/512) where & = 28.6. Fig. shows the
normalized capacity bounds, which are similar to Fig. [/| The
main change is that, at high power, both P,.(W) and C(W)/W
scale at most as P~ /4, as predicted by (T03) with § = 1/2

The reader might expect that the rates in Fig. [8| should
not decrease with P. However, note that the capacities are
normalized, and that the figure is for a system where the OA
bandwidth B changes with P. In fact, we expect that the real
(normalized) capacities at large P will be much smaller than
the upper bounds shown in Fig. [7] or Fig.

IX. CONCLUSIONS

We studied a dispersion-free fiber model with distributed
OA where the accumulated spatial noise processes at different
time instances are jointly Wiener. Our main result is a closed-
form expression for the autocorrelation function of the output
signal given the input signal. The expression gives a bound on

10 In other words, as P increases, C(W)/W first grows as log(1 +
P/(W Np)), but is then upper bounded by k1 — i log P for some constant
k1, and finally is upper bounded by kngl/ 4 for some constant ks.
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Fig. 8. Normalized capacity bounds for dispersion-free fiber with W = 500
GHz and where B scales as W - /< P/512 for large P. The vertical dashed
line is the same one as in Fig.

the output power of bandlimited and time-resolution limited
receivers. The theory shows that there is a launch power
beyond which the OA bandwidth B can no longer exceed the
propagating signal bandwidth W, and the model loses practical
relevance. The growth of W is due to signal-noise mixing
that cannot be controlled by waveform design, other than by
reducing power.

The receiver power bounds can be converted to capacity
bounds. However, the latter bounds are far above the true
capacity, and an interesting problem is to improve them. For
example, one can improve the following steps.

o Treat the noise term in separately. An upper bound
on the received noise power is Kz - min(W/B,1).

o Replace with a PSD more like the PSD of unit height
in the frequency interval [—TW/2, W/2].

e For small \/vK 22, replace (22)) with a bound similar to
(2/3)x=.

o For small \/vKz2, use rather than (7)), since
does not have the factor 1/2 inside the exponential. We
chose (71) in order to treat large B.

» Replace (247) with tighter bounds.

o Use the SPM exponential in (37).

Furthermore, one can improve the bounds for special choices
of launch signals, e.g., bandlimited signals or PAM with
rectangular pulses, cf. Sec. and Appendix

Although the bounds are loose, we suspect that they give
reasonable guidance on the capacity behavior of NLSE-based
fiber models. A challenging open problem is to incorporate
the spectral broadening of the noise, see Sec. and
Appendix [A] Another challenging problem is to develop
autocorrelation functions for NLSE models with noise, non-
linearity, and dispersion. Finally, one may wish to develop
autocorrelation functions and capacity bounds for OA based
on EDFAs.



APPENDIX A
RAMAN AMPLIFICATION NOISE STATISTICS

We describe a model for Raman amplification based on the
coupled NSLEs in [16, p. 305] and [24]. In particular, the
paper [24] defines the following signals and constants:

e up(z,t) and us(z,t) are the pump and source signals;

e 7, and v, are Kerr coefficients at the pump and source
frequencies, respectively;

e 0,, is a fraction related to molecular vibrations;

e gp(t) and g,(t) are filters related to the (third-order)
nonlinear susceptibility of the fiber medium;

e hy(t) and hy(t) are filters related to the noise force
and the response function that converts this force into
a spontaneous polarization [24, Sec. II].

The paper derives a set of coupled equations, see [24] Egs. (12)
and (13)]. Setting the dispersion coefficients to zero, we have

ou .
5'7; =J <|UP|2 +2(1 - 5m)‘u8‘2) Up
o+ Sugtis (9p(t) * us(—1)) + Su (hy x3,) (116)
Ous .
5. =% (sl +2(1 = 6m) |up|?) us

+ %|up|2(gs * us) + %U'p (hs * nw) (117)

where n,,(z,t) is modeled as additive white Gaussian noise.

We simplify (T16)-(IT7) by neglecting g,(t) * us(—t)*,
gs * Ug, and hy, x n; further discussion on modeling can be
found in [16, p. 305]. We choose u,(0,t) = a, where a,
is a complex constant so that the pump signal is a sinusoid.

Solving equations (T16)-(IT7) yields

up(2,t) = apexp (j’yp [|ap\22 +2(1 - §m)¢>(z,t)]) (118)
us(z,t) = [us(0,t) + w(z,t)]

exp (j’ys [(ﬁ(z,t) +2(1 - 5m)|ap|2z}) (119)

where
o(z.1) = / s (2, 8) P’
0

”Li)(z,t) = /OZ % ap (hs * n('zlat))

exp (flap|® [1p — 2(1 = 6, )7s] 2')
exp (2, ) [—7s + 2(1 — 6,),)) d2’ (121)

are the accumulated nonlinear phase and noise.

Note that (B3) multiplies ¢(z',t) by —v, while (121)
multiplies ¢(2',t) by —vs + 2(1 — d,,)7,. For example, if
v = s and &, = 1/2 then the accumulated noise at
any two times ¢ and t’ is jointly Gaussian. However, more
realistic numbers are vs = 0.95y, and d,, = 0.2 (see the
text around [24, Eq. (23)]) so that ¢(z’,t) is multiplied by
approximately 0.77s.

(120)

APPENDIX B
CAMERON-MARTIN THEORY

The purpose of this appendix, as well as Appendices [C] and
is to review relevant results from [25] and [2]. The space

C'[0,1] is the set of real-valued functions x(¢) that are contin-
uous on ¢ € [0,1] and have x(0) = 0. Consider the ordered
points t1,to,...,t, with 0 < t; <ty <...<t, <1 and the
values a;, b;, i = 1,2,...,n, for which a; < x(¢t;) < b;. The
Wiener measure is defined as (see [25 p. 73])

1 /bl /’bn
(ot (ts —t1) - (tn — tacr))* Jar s
(s g

<_S%_(S2—81)2 ..... (5n = sn-1)*

dsy---dsy,.
t1 to — 1t ty ) ! "

(122)

- tn—l

The Wiener integral over the space C[0, 1] of a functional F[x]
is defined using this measure, and the integral is written as

w
oo

Note that is the same as E [F[X]] where v/2 X (-) is a
Wiener process on t € [0,1].

Let p(t) be real-valued, continuous, and positive on 0 <
t <1 and consider a complex number A. Let Ay be the least
characteristic value of the differential equation

1)+ Ap)f(t) =0

subject to the boundary conditions f(0) = f’(1) = 0. Let
fx(t) be any non-trivial solution of (124) satisfying f{ (1) = 0.
Let g(-) be a complex-valued and L? function on 0 <t < 1.
We have the following lemma by using Theorem 2 in [25] for
real A and real-valued g(-) (see especially (3.2) and (3.3) of
[23]). An extension to complex A and g(-) follows by using
the same arguments as in [26] pp. 218-219].

Lemma 7 (See [25] and [26]]): If R(A) < Ao then we have

Flz] dw. (123)

(124)

/V[ZJ] exp ()\/01 [p(t)z”(t) + 2g(t)z(t)] dt) dy

C
- (8 i
where
52 = /O 1 [ f:(t) /1 tg(s)h(s)dsrdt. (126)

Example 5 (Example 1 in [25]): If p(t) = 1 for all ¢, then
we have \g = 72/4. For R(\) < w2 /4, we thus have

fat) = cos (Al/Q(t - 1)) .

APPENDIX C
MEC0zz1’S IDENTITY

(127)

We prove a (slightly corrected) result from [2, eq. (18)].

Lemma 8 (See [2| eq. (18)]): Consider a standard real
Wiener process W(-). For complex numbers a and b, and
imaginary-valued ¢, we have

E {eXp (aW(Z) + /OZ bW (2')dz' — c/oz W(z/)2d2'>:|
= V/S(c)exp (X*57) (128)



2

\p% = (“2 - b2> T(c)+ ab (1—S(e)) + L

2 4c 2c 4c (129)

Proof: Consider the change of variables y = 2'/z, and write

(128) as
E [exp <aW(z) + bz /01 W (yz)dy — cz /01 W(yz)2dy)]
=E {exp (a\/izl/zm\//(p + bV/22%/2 /01 mi/%/)dy

2
1
—9¢z? /
0

(130)

=

Now consider the function
1 1(1—-e<s<1 .
g(s) = 5 (a\@zl/2(€€—5—) + b\/§z3/2> (131)

where € is a small positive number. The idea of including the
function 1(-) is to avoid a Dirac-d function, and so that we
can write

Ml-e<s<1)

W(l) = gl_r{(l) ; . W (s)ds. (132)
We apply (123)-(127) with A = —2c2z? and compute
2252 = /1 o . sin (A!/2e)
0 V2 cos (A1/2(t—1))  A/2%e
b23/2 L 2
el /204 —
s ()\ (t 1))] dt. (133)

For vanishing e, the sine ratio becomes 1, and we have

2 bz? 1
A2g2 = L2y (AW)—“ 1—
b oai/z A cos (A1/2)
b3 1
bz /2\ _ \1/2
+ 3557 [tan (A ) A } . (134)
We obtain (128) and (129) by using
tan(jz) = jtanh(z), cos(jx) = cosh(z).
L]
Example 6: If ¢ — 0 then we have
z b?
A2 — 3 <a2 +abz+ 322> (135)

which follows by using the Taylor series expansions

tanhx ~ x — 23/3, sechz ~ 1 —2%/2.

Alternatively, one can prove (133) without using (123) by
observing that, for ¢ = 0, the term inside the exponential in
(128) is a zero-mean Gaussian random variable.

APPENDIX D
ONE-SAMPLE STATISTICS

We review the sample moments computed in [2, eq. (17)]. As
we consider only one time instant ¢, we drop the time variables
for convenience of notation.

Recall that w9 = wupr + juos. Consider the conditional

moments
fimn = E[U™(U*)™| Uy = uo) (136)
and the moment generating function
My n(s1,52) =E [exp (81 [Uo + \/EW(Z)}
+ S2 |:uO + \/EW(Z)}
+jy(m — n)/ lug + \/EW(Z’)Zdz’ﬂ (137)
0
so that
aern
= ———— M (51, 138
Hm,n sy 05y m, L(Sl 52) I ( )
We compute
My n(s1,82) = e - E [e?] (139)
where
d = syug + saufy + jy(m — n)|ug|*z (140)
Z = VK [siW(2) + s:W (2)*]
+ jy(m — n)\/f?/ 2R {ug W(2")*} d2'
0
+ jy(m — n)K/ W (")|?dz’. (141)
0

Recall that W (2) = (Wg(2) + iWi(2))/V/2, where Wg(-)
and Wy(-) are independent, standard, real, Wiener processes
of unit variance. We may thus simplify E [e?] = E [eATF] =
E [eA] E [eB] where

A= \/f(sl + s9)Wgr(2)

+ ]7(m — n) V QKUOR/ WR(Z/)dz/
0

+ jy(m — n)g/ Wr(2")2d (142)
0
K
B = j4/ 5(51 — s9)Wi(2)
+ jy(m —n)V 2Ku01/ Wi (2')d2'
0
+ jy(m — n)%/ Wi (2')2dz . (143)
0

Now define the values

ayp = \/K/Q(Sl + 82),
b1 = jy(m —n)vV2Kugg,
caa=ca=c=—jy(m—n)K/2

as :j\/K/Q(Sl — 82)

by = jy(m —n)vV2Kugr

(144)
so that
2 2 b2 b2
W = Ks159, % = jv(n —m)|uol?
a1b1 + (1262

%0 = — (s1u0 + S2ug) .



We have the following expression using (128):
E [eA] E [eB} = S(c) exp {

(Ks182 + jy(m —n)luo|?) T(c)

— (s1uo + s2uy) (1 — S(c))

— §(m = mluo = . (145)
This gives a result corresponding to [2} eq. (19)]:

Mopn(s1,82) = S(c) exp [(sluo + soul) S(c)
+ (Ks182 + jy(m — n)|uo|?) T(c)} (146)

where ¢ is given in (144). For example, for m = n we have
¢ = 0 from (144), and therefore S(c¢) = 1 and T'(c) = z. If
we further have m = n = 1, then (138) gives

2
= M
= 5 e 1,1(51,82) N
= Kz + |ug|? (147)
as expected from (39).
A. First Moment
The mth moment is
EU™] = pmo = u)* Em(c)S(c)™ . (148)
where ¢ = —jymK /2 and
Epn(c) = exp (jym|uo|*T(c)) . (149)
For example, the first moment has ¢ = —jyK /2 and
E[U] = uo Er(c)S(e)*. (150)
Now consider small \/vK 22 for which (see (62)-(63))
T(c) 2+ jyKz*/3 (151)
S(c)* =~ 1. (152)
We thus have
E [U] = ugexp (\u0\2 [5vz — 'y2K23/3])
= ug exp (|uo|? [jvz — £/2]) (153)

where we have used k = 2v2K23/3 as in (63). The first
moment thus experiences a power reduction of

F(2) = [Er(e)S()?|” = exp (—kluol?) .

This matches Mecozzi’s equations (29) and (30) from [2].
Remark 24: The value of the first moment may seem curious
from the following perspective. The first moment is

B |+ VEW e (7 [ fuo+ VEWE) P )|
0
(155)
where n = 1. A casual guess is that (I53) should simplify to

up M1 0(0,0) =up E [exp (jv/ lup + \/EW(z’)sz’)]
’ (156)

(154)

since the term with v KW (z) seems to evaluate to zero.
However, the first moment would then be

o Mi,0(0,0) = ug E1(c)S(c).
Note that the S(c) term is not squared. In fact, we have
E {\/EW(?;) exp (jv/ |uo + \/EW(Z/)|2dZ/>:|
0
=ug [S(c) — 1] E1(¢)S(c) (157)

which gives the desired result.

APPENDIX E
TwO-SAMPLE STATISTICS

We write ug = uo(t), ug = uo(t'), and similarly for u(t) =
u,(t). Consider the conditional moments

pmnke = B [UT™(U)"(U)(U")*| Us() = uo(-)]  (158)
and the moment generating function
M nike(s) = Efexp (
s1luo + VEW (z,1)] + sa|ug + VEW (z,1)]*
+ s3[ul + VEW (z,t)] + sa[ufy + VEW (z,t')]*

iy / “(m = ) o+ VEW(, )2

(k= 0) [+ ﬁW(z’,t')sz')} (159)
where s = [s1, S2, S3, 4] so that
gmtntk+L
H ke 6m51 8”82 8k33 3254 ke(S) s—0 ( )

A. Autocorrelation Function

For the autocorrelation function, we choose mnkf = 1001.
For simplicity of notation, we replace s4 with s, and write

Mioo1(s1, s2) = e - E [¢”] (161)
where

d = s1uo + saug + jz [|uol® — |ugl?] (162)

Z = VK [siW(z,t) + s2W (z,')*]
+jm/E/ IR {ugW (2, 1) —upW (2, t')*} d2’
0

+ij/ W (2, t)]2 — W (2, t')]*d7. (163)
0
B. Noise

Observe that W (-,t) and W (-,t') are correlated complex
Wiener processes. Since W(-,¢) and W (-,t') are circularly
symmetric, we may write

W(z,t') = p* W(z,t) + /1= [p2W(z,t) (164)
where the correlation coefficient is
p=E[W(z,t)W(z,t)"] (165)

and W (z,t') = (Wg(z,t')+jWi(z,t'))/V2 where Wg(-,t)
and W7 (-, t') are independent, standard, real, Wiener processes



that are jointly independent of W (-, ¢
we have W(-,t") = (Wg(-,t/

WR(Zat/) = PR WR(Zat) + pIWI(Za t) +
Wi(z,t') = pr Wi(z,t) — prWr(z,t) +

). Using p = pr + jpr,
)+ jWi(-,t'))/v/2 where

(166)

We thus have E [Wg(z,t"YW;(z,t")] = 0 as required.
We are particularly interested in real p, see (30). In this
case, we have

Wr(z,t') = pWr(z,t) + /1 — p2 Wg(z,t)
Wi(z,t') = pWi(z,t) + /1 — p2 Wi(z,t').

Thus, the real and imaginary processes are independent, i.e.,
Wrg(z,-) is independent of Wy (z, ).

(167)

C. Analysis of Z
Inserting into (T63), we have
Z=VK {81W(z7t) + sopW (2, 8)" + sQMW(z,t’)*}
+ VR [ 2 Jun(t) = )W ("0
—ug(t") \/ﬁW(z’,t’)*} dz'
ik [ [ ) (WGP - 7GR
p {pﬂW(z’, HW (! t’)*} dz'.

The quadratic form in the last integral is WTQW, where

(168)

W= [W(t) W )] (169)
1—p? 1—p2?
Q= [ . (170)
—pV1=p* —(1-p?)
The eigenvalue decomposition is Q = SAST, where
A~ M0 [V1—p? 0
10 A 0 —/1 — p?
b
S—fer el = | 1
with
1
= —\/1++1—p? 171
a NG p (171)
1
b= 7 — p? -sgn(p). (172)

Note that STS =1, a2 + b? = 1, a® — b? = /1 — p2, and
ab = p/2. The quadratic form of interest is W1 (SAST) W,
We thus define

VvV =STwW (173)

where V = [V (2') Vo(2")]T with
Vi(2') = (Vir(?) + jVar(2)) V2 (174)
Va(2') = (Var(2') + jVar(2')/ V2. (175)

1—|p? Wg(z,t')
1—[pl2Wi(zt).

Since the columns of S are orthonormal, the random processes
Vir(), Vir(+), Var(+), and V;(-) are jointly independent
standard Wiener. We further have

W =SV = [_“b 2} v (176)
wiQw = vf Pol AOJ V. (177)

We expand Z as
Z = (a1rVir + a11Vir) + (a2rVar + a2rVar)

+ / (birVin 4+ birVir) + (barVar + barVar) dz
0

_ / (c1rVE, + i VE) + (canVidy + carViE) d2' - (178)
0

where

K

a1g =1/ 5 (a(sl + s9p) — bsay/1 — p2)
K

air = ji/ ) (a(31 — 52p) + bsy/1 — 02)
K

azsp = {\/ 5 (b(51 + s2p) + asay/1 — p2>

azy = J\/7 (5(31 — 82p) — a82m>
bir = j7V2K (a UoR — PUGR) +bu0R\/ﬁ)
bir = jyvV2K (a uor — pugr) + buozﬂ)
bar = jyV2K (b UoR — PUGR) auf)Rﬂ)
bor = jyV2K (b uor — pug;) auOIM)
C=Clgp=C1] = —Cgr = —C21 = —jygﬂ

and where uor = uogr(t), vor = wor(t), uyr = uor(t),

ugr = uor(t).

D. Moment Generating Function
We use (I7), (I8), the identities

sech (\/—7330) = sech (\/fx) ’
tanh (v/=jz) v/~ = (tanh (Vi) / Vi)
for real =, and Lemma [§] to calculate

Mioo1(s1,82) = e]S(c)|?

[ /a2, + a? b2, + b?
exp ( 1R2 1 1R4C ”>T(c)+
alR_blR +airbis bip + b3
2—C(l S(c)))+Tz
[ (a2, + a2 b2, + b2 N
- exp ( 2R2 2 | 2R4C QI)T(C) _
Clgji:bzR + asrbor * b%R + b%l
Zelime TRl o — ==
Joarbat () gy - LB )



We rewrite (179) as

Mig01(s1, 52) = e [S(c)|? exp [TR(c)
. (Q%R +ai; +a3p +a3; _ big + b3, — b3p — b%,)

2 4c
+ jT[(C)
) (G%R +ajy —ajp—a3; bl + b+ b5+ b%[)

2 4c
a1rbig + ai11bir — agrbar — azrbor
Sr(c)) %

. a1rbir + ai1rbir + agrbar + azrbor
B JSI(C) 2c

_’_b%R + b3 —big — bglz
4c '

(-

(180)

The sums in this expression are

2 2 2 2
aig +ajy +azgp +aj;

5 = Ks182p
aip +ai; —ajp —ay 0
2
big + b3 + b3, + 03,
de
—J
= —= o + Jug * — 20R{uoug ]

Vi=p

b2 b2, — b2, — b2
T il — [

a1rbigr + a1rbir + a2rbar + asrbor

2c

1
= \/17_7;)2[51(/7“6 —ug) + sa(ug — puo)”]
a1rbir +a11bi; — agrbar — aorbor
2c
= —s1up — Saug .

We thus have

Migo1(s1,s2) = |S(c)?
exp | Tr(e) - (Ksiszp+ jluol? = [up )
. Ty(c)
Vi
+ Sr(c) [s1uo + s2ug]
(

- Si(e N
—j—— )2 [s1(pug — uo) + s2(ug — puo)”]
vi-p

[luol® + ugl* — 20R{uoug }]

(181)

Taking derivatives and setting s; = so = (0 we obtain the

autocorrelation function (57)).

APPENDIX F
INFINITE BANDWIDTH AND FINITE POWER NOISE

Consider large B but fixed K as in Remark i.e., we have a
noise PDD of K W/m that is independent of B. Such infinite
bandwidth noise is relatively easy to treat because, conditioned
on the input, any two samples U(t) and U (') with t' # ¢ are
statistically independent.

A. Autocorrelation and PSD
We have p = 1(¢t = t’) and use to compute

aen={ o™ e o
where (cf. (T49) and (I30))
v(t) = uo(t)Er(c, t)S(c)? (183)
Eq(c,t) =exp (j’y|u0(t)|2T(c)) (184)
and ¢ = —jyK /2. The PSD is therefore
PQﬁT):EJH/mJTV@x:ﬂ“”dtT (185)

where V() is the random signal with realization v(-), and
where the expectation is over the random launch signal Up(+).

B. A Discrete-Time Model

We develop a discrete-time model. Let {¢.,(-)},_, be a
complete orthonormal basis for L2[0, T']. Consider the projec-
tion output

T
Vo= [ Um0 (186)
0

and collect these values in the sequence Y = {Y;,,}>°_; with
energy Y[ = > _, |Y,,|>. We can use and the same
steps as in [20], [21] (see also [19, Sec. IV.C-D]) to show that
if Up(+) = up(+), then we have

T
y,, @ / E[U(8)] Uo(-) = uo(-)] o (t)*dt
0

T
::/ Ey(c,t)S(c)?ug(t)pm(t)*dt (187)
0

where F1(c,t) is given by (I84). In other words, the channel
effectively modulates uo(t) by the factor E1(c,t)S(c)?. This
means there is no phase noise since Ej(c,t) is a function of
uo(t). Instead, the signal loses energy since |E;(c,t)S(c)?| <
1if Jug(t)] > 0,y >0, and K > 0.

The result suggests that we study the complex-
alphabet and continuous-time model

Y (t) = Ei(c,t)S(c)?uo(t) + N,(t) (188)

where N,.(-) is an AWGN process with a one-sided PSD of N
W/Hz. The model has several interesting features. First,
an optimal receivet@ay use matched filtering for signals of
the form uo(¢)E1(c,t). Moreover, suppose /7K 2?2 is small
so that we have (see and (T51))

Ei(e,1)S(e)* ~ exp ([jyz — £/2] [uo(t) ) (189)

where £ = 2y2K23/3 as in (63). We see that the receiver
modulates the phase and amplitude of the received signal as a
function of |ug(¢)[?. In particular, if we use PAM with rectan-
gular pulses that are time-limited to [0, T}), then the standard
matched filter is optimal but the receiver a-posteriori prob-
ability calculation should account for the channel’s symbol-
dependent attenuation and phase shift.

"TAn optimal receiver puts out sufficient statistics for estimating which
signal of a set {ug, s(t)}5_, was transmitted. Note that an optimal receiver
for the model (I88) may not be an optimal receiver for the original model

(38D



C. Capacity Bounds

Consider the channel (I88) with an amplitude constraint
|uo(t)] < Amax = +/PTs. For rectangular pulses, we have

1
C= X:F)}?:ZXSP T [h(Y) — logy(meNy)]
1 maXX:‘X|2SPE |:TS|X|2€_K"X‘2:|
< —1 1
ST ogy | 1+ No
1 log 1+w), if P <1/k
=0 ? (190)

7 logy (1+ HeNO) else.

The smallest P that achieves the maximal upper bound is
P = 1/k. In fact, the bound on the RHS of (I90) can be
approached if Ay.x — 0, cf. [27]. Furthermore, for fixed P,
we can maximize the RHS of (I90) over 7 to obtain T; — 0
and therefore

bits/s.

(191)

) 1
lim C < P log,(e)

Ts—0
The optimal signaling thus uses very fast pulses, and the
capacity C' decreases inversely proportional to 42, K, and z3.

APPENDIX G
NONLINEARITY CAN INCREASE CAPACITY

We show that nonlinearity can increase capacity even with
receiver noise. In the absence of OA noise, the model (43)
with u(z,t) defined by (36) is

up(t) = ug (e ®F 4 (1), (192)

Suppose the transmitter uses PAM with square-root pulses

t—T,+1
g(t) = ra-r. tE0T) (193)
0 else
where T < 1, see (E]) For v = 0 the capacity is
1 PT, .

This capacity can be achieved by scaling and shaping quadra-
ture amplitude modulation (QAM) symbols x;, = xg r+JjT1
where the x 1, and x5, take on values in {1, £3,...}. Note
that the capacity scales as log, P for large P.

Suppose now that v > 0. The main observation is that the
nonlinearity in (I92)) converts the pulse (T93) to a tone whose
frequency and power is proportional to |z|2. More precisely,
the noise-free output signals have the form

t—"T,+1 . 2
— S 2 —Ts+1
u(t) = ay, T T.9) exp (j2mh |wpl* (t — Ty + 1))
(195)
for t € [kT, (k + 1)T), where
Y

~ 2 T,(1 - T./2)

is a modulation index [13| p. 118]. Suppose we use intensity
modulation where we choose the M symbols

zre{i—DA: i=M+1,M+2,...,2M} (196)

20

each with probability 1/M. The average energy is then E =
(28 M?—1)A?%/3. We further choose  so that hT} is a positive
integer, e.g., v = 27(1 — T/2) so that hT; = 1. The pulses
(193) are then mutually orthogonal: for x4 # x,, we have

/Ts t—T,+1
————— €
0 TS(l - TS/2)

The channel has thus converted the ASK signals to orthogonal
FSK signals for which the frequency grows with the power.

Next, a standard upper bound on the error probability of
signal sets is the union bound [13} p. 185]

dmin
P.<(M-1
<or-0e (%)
where d,;, 1s the minimum Euclidean distance between differ-
ent pulses. Since our FSK signals are mutually orthogonal, the
minimum distance corresponds to the signals with ¢ = M + 1
and 1 = M + 2, i.e., we have

g2mh(|ae | ~|wm [*) (t=Ta+1) gy — . (197)

(198)

dmin = /(2M +1)2+ (2M +3)2- A > VBMA
and therefore
2MA
P, < M1Q< ) (199)
M=0e\ TR

We use R = log, M bits/symbol and Q(z) < e=2*/2 for

positive x to write

E
P, <exp (Ran — 6>

2
28 No (200)

This bound shows that, for any choice of target error proba-
bility P., we can choose the rate as
R 6 P

— 1
0g2€+T

1 P
T, 28 N n bits/s.

(201)
The capacity thus scales linearly with P rather than logarith-
mically as for v = 0.

Remark 25: The reason for the capacity gain is because the
channel has spread the spectrum of the PAM signal. The gain
is thus at the expense of using more frequency resources.

Remark 26: The above example shows that intensity mod-
ulation can achieve a capacity that grows linearly with P
for large P. The per-sample rate %logP from [3]], [4] thus
underestimates capacity even with AWGN at the receiver.

Remark 27: The channel is artificial because we have
assumed the channel is lossless without amplification.

APPENDIX H
PROOFS OF LEMMAS [2H6]

We repeat here for convenience:

=2 (V)]
/_7;//22 1S(c)|? exp (—WTI(C)§M> bt —1')| dt".

202)



Proof of Lemma [2]
Consider W < B and 7(K/2)z? < 1. We have # < 1
(see (36)) and the bound (22) gives

YTi() 2 7 5 = (/41— 0%

We further use the crude bounds (247)) in Appendix [J] to upper
bound the exponential of (202) as

oo (B0 2vTP)

(203)

2 12 /
<{ R BT e
We now define
oc=+/(k/8)P;B, y=o(t—1t) (205)
and use the time intervals
Li={t:t-t[<1/B, |t'| <T/2} (206)
Ly={t':|t—t|>1/B, |t'| <T/2} (207)
to bound (202) as
P(W,T,t)

(a) r ,
<2 [Kz + (VP + 6)2] / 2We " (t=1)* gt/
LJ Ty

+ [ 1S(c)|Pe”B/DP bt — 1)) dt’}

e
[ ro/B 2w
/ e dy
0 ag

oo
+ / 5o~ V1K= o= (k/9)P: |b(T)dT] . (208)
1

/B

iy [Kz + (VP + 6)2]

Step (a) in (208) follows by using (204), |b(t—t')| < 2W, and
|S(c)|?> < 1; step (b) follows by using 7 = t — #/, inserting
(21, and applying the second inequality in (241) to bound
r < v(K/2)22(19/20). Evaluating the integrals and using

(30) gives
(W T 8) < 4 [K= o+ (VP +0)?)

Mﬁer K e~ VIKZ—(x/9)P:
o 2 £ (VSR +5

(209)

Proof of Lemma [3]

Consider W < B and v(K/2)z? > 1. We now have the
situation that > 1 can occur, so that we need both bounds
in (22) depending on the value of 7 = ¢ — t’. We further need
both bounds of (241)) in Appendix J| depending on whether |7|
is smaller or larger than 1/B. This leads to four integration
regions in general, as described below.

We begin with (241)-(242) to write

B|7| < /1 —sinc?(B1) < 2B|7| (210)
for 0 < B|7| < 1. Using (36), we thus have
v(K/2)2*B|7r| < x < yK2*B|r|. 211)

21

Defining
™ =1/(yK2*B) (212)
we have 27* < 1/B by hypothesis, and @T1) gives
<rT* <
T/ <7m*=ax<1 213)

|7] > 27" = x> 1.

We proceed to upper bound P.(W,T,t) by splitting the
integral (202) into four parts with |7| < 7%, 7* < |7] < 27%,
27* < |r| < 1/B, and |7| > 1/B. Using (22) and 241), we
bound the exponential of (202) as

P,
exp ("YTI(C);\/ 1- p2>
exp (f(n/8)Pt 327'2) ,
<{ exp (— Bpr), 2 <|r|<1/B

exp (—/557 P:) » |7] > 1/B.

For the regime 7* < |r| < 27*, we use as upper bound the
sum of the first and second terms on the RHS of (214).
Inserting (214) into (202), and following similar steps as in

(205)-(208). we have
P.(W,T,t)

a) 207" )
(§ 4 {KZ + (VP + 5)2} [/ ?e*y dy
0

1/B 0o
+/ 10We*aﬁd7+/ e VK~V mr Pt Ib(T)dT]

7| <7

(214)

s

1/B

Yy [Kz + (VP + 6)2]

2W/B 7 ;
WTGI‘f (\/ (H/S)Pt 2BT )

+720W <\/7'>*Jr 1) e VT 4 56\/71{7@&}
a a

215)
where for step (b) we have defined
vB
= P 27K 22B. 21
a st Vak: (216)

Step (a) in (213) used the first inequality in 241) to bound
|S(c)|? for the second integral. For step (b), we applied

1/B 1/VB
/ e~V dr = / e~ ot dt
T N

*

2 1 =

< - (\/T* + ) e VT, 217)

a a

Finally, we use
B

a > max (. / 1;73, \/2sz2B> (218)

P,
V/(k/8)P, 2BT* = L (219)

3Kz



to simplify (213)) and obtain
P(W,T,t) <4 [Kz + (VP + 5)2}

2W/B 7w orf
(K/S)Pt 2 3KZ
WBWIB b Py s VARE VTR (200)
vK 2?2
Proof of Lemma

Consider the case W > B and 7(K/2)z? < 1. We again
use the bound (203) and the parameters (203)) to write

PT(VV, T, t)
/W oW
/ ey dy
0 g

=~ b(r)| dr + 56_\/%22_(@/9)3] L@

<4 [Kz+(\/l7t+5)2}

1/B

+/ e
1w

We now use |b(t)| < 2(W (rt
integral in (221)) as follows:

UB ., 2
/1/W ¢ w2 W12

Inserting into (221), we have
P.(W,T,t) < 4 [Kz + (VP + 5)2}

2W/B /7 B
W8)R52€rf< (k/8) Py W)

L1 <1 _ B) o~ (K/8)PUB/W)? | £ /YK —(x/9)P,
i\ w

)2)~! to upper bound the second

— B
dr < e*(N/S)Pt(B/W)ZM/;LT_ (222)

(223)
Proof of Lemma [3]
Observe that the RHS of (209) includes the form
F(P) = (a+b\/P, + cPy) ‘Ferf(‘ﬁft) (224)
where a = Kz + 6%, b = 25, ¢ = 1, and s = x/8. The

results (246)-(247) derived in Appendix [J] state that 224) is

non-decreasing and concave in P; if P, > 3(Kz + §2). Thus,
if we replace P, with P, + P,, where the offset power is
P, = 3(Kz + §2), then (224) is non-decreasing and concave
for P, > 0.

Next, by using (243)-(244) in Appendix [J] we have

20 [Kz + (VB + 6)2} e VIEZ=(OP < o (225)
where
¢ =20 |Kz+6*+ 4/ — 185 2| e-viKe?, (226)
Ke Ke
Observe that c; is independent of P; and W.
We now loosen (209) to
PT(WvTvt) < C1 +8(W/B)f (Pt+PO) (227)

22

where the RHS is non-decreasing and concave in F;. Jensen’s
inequality applied to the RHS of (86) thus gives the bound
P.(W,T) < c, +8W/B)f (PT + PO) (228)
where we have replaced P; with Pr, see (I0). Furthermore,
we require Pr < P, so we have
P.(W,T)<ci+8W/B)f(P+PF,). (229)
We may simplify the bound further without changing the

scaling behavior that we are interested in. We use erf(y) <1
and loosen (229) to

8W Kz + (VPF Py +0)°

PWI)sa+—45 (+/8) (P + P,)

(230)

For example, the RHS of (230) scales as +/P for large P.

Proof of Lemma [0]

We repeat the above steps (224)-(230) for (220). We now
have s = 1/(3Kz) in (224), and we use (243)-(244) to

compute

100 1
VK> — [Kz+ (/P +0) }e vasies P <o

20 [Kz + (VP + 5)2} e VK VmRP <oy (231)

where
¢ — 100 Ko 6?4 /GKZ(H_\/EKZ
K22 e e
80K\ V/* 20K | _ sxm
cs =20 Kz+52—|—<2> 0+ > | e TRE
e e

(232)

Observe that ¢, and cg are independent of P; and W. We
loosen (220) and use Jensen’s inequality to write

16(W/B)

2
K22 (233)

_ W _
Pr(WT)§§C2+C3+ f(Pr+P,)
which is the analog of (228). The RHS of (233) is increasing

in Pp, so we have

16(W/B)

w
< ECQ +c3 + f (P =+ PO) . (234)

To study large P, we may simplify (234) by again using

erf( ) < 1. We arrive at a similar bound as (230), and
P.(W, T) again scales at most as v/P for large P.

APPENDIX I
ENERGY BOUND FOR PAM WITH RECTANGULAR PULSES
AND RING MODULATION

PAM with rectangular pulses and ring modulation has a
constant envelope, so we can apply (61I). Suppose 7, = T,



so that for mT, < t,t' < (m+ 1)T,., we have ¢a(t,t') =0 T —
and 0.9 ANNY — Isinc(x)l| |
' \\ N — sinc(x)?
- \ — 2
At 1) = At 1) 081\ \Y I
S? 07r A\ \% —=-1/4
= |52 [TRKp +P (Sﬁ + 1 j 5 (1— ,0)2>] | Y --—-1/20
P 0.6 \ N
Tr L ! A
exp | —-y————=2P(1—»p) | . (235) 0.5 ! \
V1 —p? ! v
041 \ |
\
Note that (233) is real-valued. Using (34) rather than (31)), we 031 | \
thus have (cf. (68) N — = ‘-\'- ''''''''''''''''''''''''''''''''''''' 1
. \ \
_ 1 .
Euw<—UQ+P@+fW4H 0.1 ! & ]
,,,,,,,,,,,,, NS NN
T, T, T 0 1 L T
/ /)em) Wi 2PU—p)cﬁﬁ.(B® 0 0.5 1 1f 2 25 8
Consider T, = 1/B and ’Y(K/Q)ZQ < 1. We use @ and Fig. 9. Simple bounds on |sinc(x)| and sinc(x)?
(247) to upper bound the exponential of (236) with
exp (—(/{/2) PB2(t _ t’)2) (237) Concavity of a Special Function
Consider the function
for the range of interest with B|t — t'| < 1. We thus have
/P U erf (\/ SP)
- P)=(a+0VP+cP) YT ——~ 245
E(T)<T{Kz+P@+7%@4ﬂ 1(P) 3 P (245)
17 where a, b, and c are non-negative constants and s is a positive
/ P [erf (ot) + erf (0T — t))] dt (238)  constant. We compute
d —sP
where o = /(x/2)PB. Evaluating the integral gives % :2681373/2 [(CP +a)sVP + bsP
_ 27, s
Bu(T) < [Kz 4 P(1472K24)] 20 VT VAP - e at (ViP)| 20
(k/2)P 2
1 1 it V5P $2sV/P(cP +a) + 2bsP +b
at (VTIP) L (o) = e VP {2 P +b)
[ (r/2) P VT dpP 4P2\/sP p
(239) +@J>—3a){ sP mf(VsP)—-VsP}].
As v — 0 we have k — 0, and we find that the RHS of (239) (247)
becomes (K z + P)T,, as expected for a linear channel From (236), we see that f(P) is non-decreasing if cP >
APPENDIX J Similarly, for (247) we use [28| 8.253.1] to bound
VARIOUS BOUNDS 2 T
Sinc Function e Terf(y) = (248)
We have the following bounds, see Fig. [0} for y > 0 and find that f(P) is concave if ¢P > 3a. Thus,
. f(P 4+ 3a/c) is both non-decreasing and concave if P > 0
sinc(y)| = | S| o [ 1-w <1 (240) and ¢ > 0
yI= my |~ | 1/4, ly| > 1 ’
. 1—9% |yl <1 A
., 2 < Yy, Yl = CKNOWLEDGMENTS
sinc(y)® < { 120, |yl >1 (241)

The author wishes to thank R.-J. Essiambre, J. Garcia, and
sine(y)? > 1 — 4y% (242) p

P. Schulte for comments, corrections, and suggestions. The
author also wishes to thank the Associate Editor and the
Exponential Function

reviewers for suggestions that improved the presentation
We use two bounds on the exponential function with a > 0
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TABLE II
LIST OF ACRONYMS, SYMBOLS, AND NOTATION

Acronyms Defined in:

ASK, FSK, PSK Amplitude-, frequency-, phase-shift keying Sec. [IV-B|and [VI-B|
AWGN Additive white Gaussian noise Sec. [l

EDFA Erbium-doped fiber amplifier Sec. III—B|

LHS, RHS Left-hand side, right-hand side Sec. |lI-Ef and [[V-D|
NLSE Nonlinear Schrédinger equation Sec. [I-Af and [ITI-Af
OA Optical amplification / optical amplifier Sec. |l

PAM Pulse amplitude modulation Sec. [[I-C

PDD, PSD, PSDD Power distance density, power spectral density, power spectral-distance density Sec. |I| and [III-B
SNR Signal-to-noise ratio Sec. |II-D|

SPM, XPM Self-phase modulation, cross-phase modulation Sec. |[V|and |V-B
WDM Wavelength division multiplexing Sec. [[i

Fiber and Noise Parameters

a, B1, P2 Loss coefficient, group velocity, group velocity dispersion Sec. [III-Al

o7 Nonlinear Kerr coefficient Sec. [III-A

kg, Te Boltzmann’s constant, temperature Sec. [lI-D

No = kpTe receiver noise PSD Sec. [II-D|

Ny OA noise PSDD Sec. [III-B]

K =NaB OA noise PDD Sec. |III-B
p(t—1t) OA noise correlation coefficient Sec. [l1I-B

Signal Parameters and Variables

B OA bandwidth Sec. [I-Al and [III-B|
W Signal or receiver bandwidth Sec. [I-Al [IV-Cland |VII-D|
fo Carrier frequency Sec. [II-A]

Ts Time period of PAM Sec. JII-C|

P, P, P, Average launch power, instantaneous launch power, offset power Sec. [l VII-A| and |VII-C|
c — (K /2)\/1 = p? Sec. |II-E| and (33)
K 2v2K23/3 Sec. [V-Aland (63)
0 Variable used for bounding Sec. |[V-B|and
S(c), Sgr(c), Sr(c) sech (\/%z>, real part ®(S(c)), imaginary part 3(S(c)) Sec. [II-E

T(c), Tr(c), Tr(c) tanh <\/% z) V2¢, real part R(T(c)), imaginary part F(T'(c)) Sec. [II-E}

Signals

u(z,t) = u.(t) =u(t) =u Signal at distance z and time ¢ Sec. [II-A|

u(z,t) =u (') =u(t') =u' Signal at distance z and time ¢’ Sec. [II-Al
U(z,t)=U.(t)=U@t)=U Random signal at distance z and time ¢ Sec. [II-A]
U(z,t')=U,(#') =U({') =U’ | Random signal at distance z and time ¢’ Sec. [II-A|

a(z, f) Fourier transform of u(z,t) at distance z Sec. III-Cl

ur(t) Receiver signal with AWGN Sec. [II-D|

Ny (-) and n.(-) Receiver AWGN process and its realization Sec. [II-D|

W(z,t), Wgr(z,t), Wi(z,t) Spatial Wiener process, real part $8(W (z, t)), imaginary part S(W (z,t)) Sec. [I1I-B

w(z,t) Accumulated noise for the model Sec. JlII-D| and
{dm()}oo_y Complete orthonormal basis Sec. [[V-B|

b(t) and b(f) 2W sinc (Wt)? and its Fourier transform Sec. [IV-C
Autocorrelation Functions

Azt t) = A, t) Autocorrelation function at distance z conditioned on Uy = ug Sec. [[I-B|

ALt t) = A(t, ) Average autocorrelation function at distance z Sec. [II-B

A(T) Time-averaged autocorrelation function at distance z Sec. |lI-C

At t') Approximate autocorrelation function at distance z conditioned on Uy = ug Sec. [V-A

A(t, "), A(T) Average approximate autocorrelation functions at distance z Sec. Vl—Bl

PSD, Receiver Power, Receiver Energy

P(f), P(f,T) PSDs at distance z Sec. |II-B

P.(W), P-(W,T) Average receiver powers in a band of bandwidth W Sec. [[I-D| and [[V-C
P-(W,T,t) Upper bound on instantaneous receiver power conditioned on Ug = ug Sec. VII—AI
En(Tr) Energy at receiver in time interval [mT;., (m + 1)T}) conditioned on Uy = ug | Sec.|[V-D
En(Ty) Average energy at receiver in time interval [mT., (m + 1)T}) Sec. [[V-D|
En(Tr,t) Upper bound on instantaneous receiver energy conditioned on Uy = ug Sec. VII-P|
Capacity

C(W) Capacity with bandwidth W Sec. [II-D|

n(W) Spectral efficiency with bandwidth W Sec. [II-D|
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