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Abstract

ElCompressive phase retrieval refers to the problem of recovering a structured n-dimensional complex-valued
vector from its phase-less under-determined linear measurements. The non-linearity of measurements makes designing
theoretically-analyzable efficient phase retrieval algorithms challenging. As a result, to a great extent, algorithms
designed in this area are developed to take advantage of simple structures such as sparsity and its convex generaliza-
tions. The goal of this paper is to move beyond simple models through employing compression codes. Such codes
are typically developed to take advantage of complex signal models to represent the signals as efficiently as possible.
In this work, it is shown how an existing compression code can be treated as a black box and integrated into an
efficient solution for phase retrieval. First, COmpressive PhasE Retrieval (COPER) optimization, a computationally-
intensive compression-based phase retrieval method, is proposed. COPER provides a theoretical framework for
studying compression-based phase retrieval. The number of measurements required by COPER is connected to «, the
a-dimension (closely related to the rate-distortion dimension) of the given family of compression codes. To finds the
solution of COPER, an efficient iterative algorithm called gradient descent for COPER (GD-COPER) is proposed. It
is proven that under some mild conditions on the initialization and the compression, if the number of measurements
is larger than C'x?log®n, where C' is a constant, GD-COPER obtains an accurate estimate of the input vector in
polynomial time. In the simulation results, JPEG2000 is integrated in GD-COPER to confirm the superb performance

of the resulting algorithm on real-world images.

I. INTRODUCTION
A. Motivation

Consider the problem of recovering € Q from m noisy phase-less linear observations
y = |Az| +¢,

where A € C™*" and € € R™ denote the sensing matrix and the measurement noise, respectively. Here Q denotes
a compact subset of C™ and | - | denotes the element-wise absolute value operator. Assume that the class of signals
denotes by Q is “structured”, but instead of the set Q, or its underlying structure, for recovering « from y, we have
access to a compression code that takes advantage of the structure of signals in Q to compress them efficiently. For
instance, consider the class of images or videos for which compression algorithms, such as JPEG2000 or MPEG4,

capture complicated structures within such signals and encode them efficiently. Employing such structures in a phase
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retrieval algorithm can reduce the number of measurements or equivalently increase the quality of the recovered
signals. This raises the following questions:

1) Is it possible to use a given compression algorithm for the recovery of & from its undersampled set of phaseless
observations?

2) What is the required number of observations (in terms of the rate-distortion performance of the code), for
almost zero-distortion recovery of x?

3) Can we find polynomial time algorithms to use a given compression algorithm to recover x from its under-
sampled set of phaseless observations? If so, how does the answer to the second question change if we want
to approximate the solution in the polynomial time?

By answering these questions we can immediately use the structures that are employed by the state-of-the-
art compression algorithms, such as JPEG2000 or MPEG4, to improve the quality of the recovered signals or
decrease the required number of measurements for a given quality. Furthermore, if the image or video compression
communities discover new compression algorithms that are capable of employing new and more complicated
structures, then the framework we develop in this paper obtains a phase retrieval algorithm, with no extra effort,
that uses such complicated structures.

In the remainder of this section, we first review the formal definitions of compression algorithms and their rate-
distortion performance measures. We will then briefly sates our responses to the above three questions. Finally, we

compare our contribution with the existing work in the literature.

B. Background on compression algorithms

A rate-r compression code is composed of an encoder mapping £ and a decoder mapping D, where
E:C"—={0,1}", and D:{0,1}" — C™.
The distortion performance of the compression code defined by mappings (£, D) on set Q is measured as

§ £ sup |z —D(E(x))|-
reEQ

Throughout the paper sometimes we use subscript 7 for the encoder and decoder mappings as (£, D,.) to highlight

the rate of the code. The codebook of compression code (&, D,.) operating at rate r is defined as
Cr £ D (:(Q)) = {Dr(& () : € Q).

It is straightforward to confirm that |C,.| < 2.

In many application areas, the user has access to a family of compression codes. For instance, in image processing,
a user can tune the rate in JPEG2000. Given a family of compression codes F = {(6}, Dr)}T cn for set Q indexed
by their rate r, let 6(r) denote the distortion performance of the code operating at rate , i.e., (£, D). Then, the

rate-distortion function of this family of codes is defined as

r(8) £ inf{r: 6(r) < 6}.



Define the a-dimension of this family of codes as

dim, (F) £ lim sup r(d)l . (1

5—0 108 5

We will later show that this quantity is closely connected to the number of measurements our proposed recovery

methods require for accurate phase retrieval. To offer some insight on this quantity and what it measures consider

]| < 1},
Jelly < k}

denote the unit n-dimensional ball and the set of k-sparse signals in the unit ball, respectively. It is straightforward

the following well-known example. Let

B, = {we]R”

and

Sn,k = {m S Bn

to show that the a-dimension of any family of compression codes for B,, and S, ; are lower-bounded by n and
k, respectively. As shown in [[18]], there exist compression codes that achieve these lower bounds in both cases. A
straightforward generalization of this result implies that for k-sparse signals in the unit ball in C”, the a-dimension

of any family of compression codes is lower-bounded by 2k, and this bound is achievable.

C. Summary of our contributions

Consider the problem of noiseless phase retrieval, i.e., recovering @ up to its phase from y = |Ax|. To answer
the first two questions we raised in Section we propose COmpressible PhasE Retrieval (COPER) that employs
a given compression code to solve the described phase retrieval problem. Given measurement matrix A € C™*",

define the distortion measure d4 : C* x C* — R as follows

m

da(z,c) £ <|ak*:1:|2 —|ak*c\2>2 => (ax*(wz” — ccag)?, 2)

k=1 1
where a;* denotes the k™ row of A. When there is no ambiguity about the signal on interest =, we use d(c)
instead of da(zx,c). Throughout the paper, for complex matrix A, A* and A denote its transposed-conjugate, and
conjugate, respectively. Based on the defined distance measure, we define COPER, a non-convex optimization

problem for recovering & from measurements y, as follows:

T = arg({réicxl da(z,c). 3)

In other words, among all elements of the codebook, COPER finds the one for which|A¢]| is closest to measurements
y. Note that since y, =|ax* x|, to calculate d 4 (x, ¢), we do not need to know .

In phase retrieval, since the measurements are phaseless, the recovery of @ can never be exact; if x satisfies
y = |Ax|, then so does e¢’x, for any § € R. Hence, following the standard procedure in the phase retrieval

literature, we measure the quality of our estimate & as

_ 2
inf |le?x — :i'H .
0€[0,2m)

. . ) , 2. L .
In SCCUOH we will bound 1%1f He“’w — &||” in terms of the number of measurements and the rate-distortion function

of the code. We will then show that m > dim, (F) observations suffice for an accurate recovery of & by COPER.



For the aforementioned set of k-sparse signals that lie in the unit ball in C", using a family of compression codes
with an a-dimension of 2k, our results imply that COPER requires slightly more than 2k noise-free phase-less
measurements for an accurate recovery.

Despite the nice theoretical properties of COPER, it is not directly useful in practice as it is based on an
exhaustive search over the set of all codewords, which is exponentially large. This leads us to the third question
asked in Section In response to this question, we introduce an iterative algorithm called gradient descent for
COPER (GD-COPER). Let z; denote some selected initial point, and define gradient of real-valued function d as
Vda(z) & (851;)*, where

0d 4 é_adA(Z,Z)

0z 0z Z=constant ’

is the Wirtinger derivative [20]]. The iterations of GD-COPER proceed as follows:

St41 £ 2t — ,UVdA(Zt)7
Zt+1 £ 'Pcr(st+1), 4

where t represents the iteration index. Moreover, here, for z € C",

da(z) = dale.2) = Y (aizl lajal®) = 3 (a* (wa® — z2)ar)”.

k=1 k=1
and therefore,

Vda(z) = 22 (|a,”;z|2 f|a,’:m\2) apaz.
k=1

Here, C,, as defined earlier, is the set of codewords of the code, and P¢, : C" — C, denotes the projection

operator on this set. That is, for s € C",
B . 2
Pe,(s) = arg minle — s|I”.

We show that, under some mild conditions on the initialization, given m > C dim,, (F )2 log2 n phase-less measure-
ments, GD-COPER finds an accurate estimate of x. Note that the number of measurements GD-COPER requires
is considerably larger than what is needed by the combinatorial COPER optimization; in addition to the extra log
factor, the number of measurements GD-COPER requires is proportional to dim,,(F)?, unlike for COPER which
only requires dim,, (F) observations. While it might be the case that the difference is due to our proof techniques
and the gap is not something fundamental, based on our study of the problem, it seems more plausible to us that
the difference is the cost paid for having a polynomial time algorithm and cannot be closed (except for probably
removing the log factors).

Finally, we perform extensive numerical experiments to understand the algorithmic properties of GD-COPER,

and evaluate the amount of gain a compression algorithm can offer for a simple ‘gradient descent’-type algorithm.

D. Related work

The problem of phase retrieval has been extensively studied in the literature [I]-[17]. (Refer to [6]] for a

comprehensive review of the literature.) Since, unlike compressed sensing, in phase retrieval, the measurements



are a non-linear function of the input, even if the number of measurements is more than the ambient dimension of
the signal, the recovery problem is still challenging. Hence, the primary focus of the field has been on developing
and analyzing efficient recovery algorithms for general input signals. However, similar to compressed sensing, in
most applications, the input signals are in fact structured. Therefore, taking such structures into account can lead
to more efficient recovery algorithms with a lower number of required measurements or smaller reconstruction
error. Hence, in more recent years, there has been work on phase retrieval of structured sources. In this domain,
most papers are concerned with standard structures, such as sparsity. Assuming the signal is k-sparse, i.e., all of
its coordinates but k£ of them are 0, a variety of recovery algorithms have been proposed in the literature. In the
following, we briefly review some of such methods.

It is assumed in [21] that the signal is sparse, or can be approximated well with few non-zero coefficients.
Furthermore, the authors suppose that /;-norm of the signal is known, and employ an iterative phase retrieval
algorithm. However, no theoretical guarantee is offered for the performance of the proposed recovery algorithm.
The lifting is used in [22]], [23]] to convexify the problem and take advantage of semidefinite programming (SDP) for
signal recovery. Since € C" is lifted to the space of C"*™ matrices, the proposed algorithm is computationally
demanding. Furthermore, the performance of the algorithm is guaranteed only under the assumption that the linear
operator that appears in the SDP satisfies either the restricted isometry property or the coherence condition. Similarly,
[24] poses the problem of sparse phase retrieval as a non-convex optimization problem and uses the alternating
direction method of multipliers (ADMM) to solve the problem. Generalized approximate message passing (GAMP)
has been used in [[25]] for the recovery of sparse signals. Despite the success of the ADMM and GAMP in simulation
results, the theoretical properties of the algorithms are unknown. Inspired by the Wirtinger flow algorithm, [26]]
proposes a projected gradient descent for the recovery of k-sparse signals that resembles GD-COPER, proposed
in this paper. However, GD-COPER uses a generic compression algorithm, while the projected gradient descent of
[26] uses the projection on the set of all k-sparse vectors. Also, by combining the alternating minimization idea with
Compressive Sampling Matching Pursuit (CoSaMP) [27] has obtained another theoretically-supported algorithm for
sparse phase retrieval with sample complexity of O(k?logn). In a more general setting, [28]], [42] consider the
regularized PhaseMax formulation, proposed in [[10], [[11], and show that if a good anchor is available, then the
algorithm is capable of recovering the signal from a number of measurements proportional to the minimum required
number of measurements.

More recently, a few papers have used more sophisticated structures that are present in images to improve the
performance of the recovery algorithms [29]-[31]], [41]]. For instance, by integrating a generic image denoiser in the
iterations of the approximate message passing, similar to the approach of [34], [29]] improved the performance of
the approximate message passing for the recovery of images. Since the message passing framework works mainly
for measurement matrices drawn independent and identically distributed (i.i.d.), [29] used the RED formulation,
proposed originally in [33]], for the phase retrieval. The simulation results presented in [29] suggest that the
algorithms that are based on the RED formulation (and a neural net denoiser) work well on Gaussian as well
as coded diffraction and Fourier measurement matrices. Similarly, [31]] adds a total variation penalty to the non-

convex formulation of phase retrieval problem and uses the ADMM approach for finding a local minimizer. Finally,



[32] uses a deep generative network to model images and then uses the learned model as a prior to help the phase
retrieval recovery algorithms.

Finally, using generic compression algorithms for compressed sensing and image restoration problems has been
investigated before in [18]], [19], [36], [38]. However, given the nonlinear nature of the measurement process in
phase retrieval, similar to other compressed sensing methods, neither the theoretical nor the algorithmic tools and
techniques developed in the area of compression-based compressed sensing are directly applicable to phase retrieval.

In this paper, we develop a theoretical framework for phase retrieval, i.e., recovering a signal from its under-
determined noise-free phase-less measurements, that is applicable to general structures employed by compression
codes. This allows developing theoretically-analyzable algorithms that employ structures much beyond those that
have been studied so far in the phase retrieval literature. We first propose an idealistic compression-based phase re-
trieval recovery method that guides us on the potential of such recovery methods. We then propose a computationally-
efficient and theoretically-analyzable algorithm that given enough measurements is guaranteed to convergence to
the desired solution. We also obtain an upper bound on the gap between the performance of the efficient algorithm

and that of the idealistic computationally-infeasible method.

E. Organization of the paper

The organization of the paper is as follows. Sections [[I| and [III| state and prove our main theoretical contributions
regarding the performance of COPER and GD-COPER, respectively. Section [[V] summarizes our simulation results.

Finally, section [V]] gathers lemmas and theorems we have used to obtain the main results and proves them.

II. THEORETICAL GUARANTEES OF COPER

Consider a class of signals  C C™ and a compression code with encoding and decoding mappings (&, D;.)
and codebook C,. Using the given compression code, COPER recovers € Q from measurements y = |Ax| by

solving the following combinatorial optimization:

T = arggréicn da(z,c).

The main goal of this section is to analyze the performance of this optimization. Toward this goal, we make the
following assumptions:

1) For every = € Q, we have ||z < 1]

2) The elements of A are i.i.d. drawn from A(0,1) 4+ «N(0,1), where ¢ denotes the square root of —1.

The following theorem obtains an upper bound on the accuracy of the COPER’s estimate.

2Given the fact that we need the rate-distortion function to be finite for every § > 0, we expect Q to be a subset of {z € R"|||z|2 < R}

for a given R. Without any loss of generality and for notational simplicity we have set R = 1.



Theorem 1. Let (E,,C,) be a rate-r compression code with distortion 6. Let * € Q denotes the desired sig-
nal, and define sensing matrix A, as above. Let & denotes the solution of COPER optimization. That is, &
4)

1
T mo,

2
<16V3
< N

arg micp da(x,c). Then, we have
ceC,.
e — &

inf
]
(6)

with probability at least
1_ 9re3 (K+lnri—lnm) _ e—?m(Tz—ln(1+T2))7

where K = In2me, and 11, T2 are arbitrary positive real numbers.
The general form of this theorem enables us to set 71,72, and 4, and obtain different types of performance

guarantees. Hence, before proving this theorem, we mention one specific choice that connects this result to the

a-dimension of the compression code in the next corollary.
(N

Corollary 1. For large enough r, we have
, 2
P (iréf ex — iH < C(SE) >1 27" g7 00m,
¢y s a positive number less than n(1 —€) — 1.

1

7. Given n > 1—,

®)

where C = 32+/3, and m = nlog
S5

Proof. Given € > 0, n > 0, in Theorem [1} let 7, = m262~2¢, and 7 = 1. It follows that,
‘ 2
elr — :TUH < 32\/5(56,

inf
6
with probability
1_ er (1n2+2"11+§(K+1nm262’25—1nm)) _ e_Qm(1_1n2), (9)
Note that 1 —In2 > 0.3, and
K +1
14+ ! T (K—&—lnm262_26 - lnm) =1+ w —n(l—e).
21n s 21n 5
Since K, n are constants, and m — ndim, (F) as § — 0. Therefore,
(K +1nm) s-0 0
T .
21n 5
Set any positive number ¢, such that 0 < ¢, < n(1 —€) — 1, so for large enough r we have
n(K + Inm)
1+ 2111% —n(l—€) < —cy,
Ul K+lnm?262~2~1lnm
( )) <27’
O

Thus
erln2(1+21n%

We would like to emphasize on a few points about this corollary:
Remark 1. Corollary (1| shows that COPER recovers the signal & from 7 dim,, (Q) measurements for any 7 > 1 with

desired small distortion. This happens with very high probability as » — co. One simple implication of this result is



that, in the case of k-sparse complex signals, COPER needs 2nk measurements for almost accurate recovery. Even
if we had access to the sign of Ax, we could not recover x accurately with less than 2k measurements. Hence, in

some sense this result is sharp.

Remark 2. This theorem guarantees the minimizer of the COPER optimization. However, note that the COPER
optimization is highly non-convex (optimization of a non-convex function over a discrete set). Hence, it is still
not clear how we can get a good approximation of X in polynomial time. This issue will be discussed in the next

section.

Next we briefly review the main steps of the proof of Theorem [I}

Roadmap of the proof of Theorem || Here we mention the roadmap of the proof to help the readers understand the
main ideas. The details are presented in section Let

z =D(E(x)).
Clearly, € C,. Note that by definition of d(r), ||z — &|| < §(r). Moreover, by definition of &, we have
da (Ax||AZ]) < da (Ax],|AZ]) . (10)

For a complex vector ¢, let A\i(c), A2(c) denote the two non-zero eigenvalues of xa* — cc*. Furthermore, let
Amax(c) denote the one with the largest absolute value. In Theorem |5 (proved in Appendix B) we prove that for

any positive 71 and 7o we have

P (da(Az| |Ac]) > A ()1, Ve € Cy ) =1 — e (Ksinmtum), (11)
where K = In2me and
~ 2 =~ 2 7 72m(727ln(1+72))
P (dA(|Aa:|,|Aa:|) < N2 (&) (4m(1 + 72)) ) >1-¢ . (12)

Combining (T0), (TI), and (I2), we obtain

2
)‘max

(@)1 < da (Az| |A|)
< d(Ax|,|AZ|)
< A2 (@) (4m(1+ 7)) (13)

Therefore,

16m?2(1 2
/\IQHaX(i:> < wAgnax(i)v (14)

(K+InTi—Inm) __ e—2m(7'2—1n(1+7—2))

with a probability larger than 1 — 27e% . Hence, the main remaining step is to

connect A2 (&) with iI;f ||ei9:c - ﬁcH2 According to Lemma [7| (proved in the Appendix) we have

V
\

2

Vo) > 5 (M(@) + X3(@) (1s)
1 . 2 . £ a
5 (1l* =121%) + (1l 2]* ~le"a)*) -



Recall || — Z|| < 6 and since x, & € Q we have ||z ||| < 1, thus
~ 2 ~ 2 2
(Il +l2ll)” (=l —[lz])” < 40 (16)
Moreover,

5>z - &’

2 ~ 12 ~
> [2)” +@]” - 2[x" 2|
> 2 (|l 2] — |z 2]),

so we have (|z|[| 2| —|2*&|) < &, which implies

<
(l=l*l2)® ~lo*2[*) < o2 (17)
Similarly, Lemma [7] implies
Na(®@) < (M(@) + 22()?) (s)
= (I=1” =12I1%)" +2 (jel* 2] - |=*2I*)
< 662

Therefore, combining (T4),(I5)),(I8), we have

1 2 A2 2 214112 * ~ 12 ~

5 (121 =121F) "+ (2 I’2]® ~le"a)*) < A2.(@)
- 16m?(1 + 12)2

1

< 96m?2(1 + 72)?

52 (19)

1
with probability larger than 1 — 27es (K+Inm—Inm) _ e 2m(ma=In(1+72)) Finally, Lemma [2| connects the left hand

2
side of (T9) with <i%f ||ex — @ 2) . Hence, using Lemma [2| we have
<inf
0

ol 53H2 < 16\/31 + 72 mé | >1— ore® (K+nri—lnm) _ e—27n(72—ln(1+7—2))
< e >

52

. 2\ 2 2 2
RS ) < 768m2(1 + 72)

1

which means

P (inf
6

where K = In27e, 71,70 > 0.




III. THEORETICAL GUARANTEES OF GD-COPER

As discussed before, COPER is based on an exhaustive search over the space of all codewords, and is hence
computationally very demanding, if not infeasible. This section aims to prove that with more measurements GD-
COPER, introduced in Section [[-C| reaches a good approximation of the solution of COPER in polynomial time.
In this section, we assume that

el =1,z =1, VzeCl,. (20)

This assumption enables us to state our theoretical results in a simpler form. We will have a more detailed discussion

about this assumption in Section [V] Recall that the iterations of the GD-COPER algorithm are given by
Sip1 = 20 — pVda(zy),
Zt+1 £ Pe, (8t+1), (21)

Remark 3. The projection step in GD-COPER, i.e., z;11 = Pc,(8¢11), might seem computationally expensive, as
the codebook C,. is exponentially large. However, for a good compression code, it is natural to expect the projection
on the set of codewords to be equivalent to the successive application of the encoder and the decoder mappings
of the compression code. In other words, we expect P¢,_(-) = D,(E,(-)) or, at least, D,(E,-(-)) to be very close
to Pe, (). We will present an example in Section [V| to justify this claim. We will also provide theoretical results
regarding the robustness of GD-COPER to this assumption in Theorem [ Hence, in our simulations, we use this

observation and run the GD-COPER algorithm as follows:

St41 = 2t — ,UVdA(Zt)7
Zi4+1 = Dr(gr(st+1))-

We first mention our generic result. We will then, simplify this result in a few corollaries to interpret it and

compare with the existing work.

Theorem 2. For a fixed signal x € Q, define z; € C, as in 1) with u = ﬁ. Suppose that for all € R, ez € Q.
Define 0, £ arg Iani]%{let — ew:cH. For all € > Com™3, with probability at least 1 — Cze=C1VmetBIn2)r yppep,
€

C4,Cy,C3 > 0 are absolute constants, for t = 1,2, ..., we have

Before proving this theorem, we first simplify the statement of this theorem and compare it with Corollary [I]

Zir1 — ew‘:cH < (Hzt — eieth + 6) Hzt — ewth + 36,. 22)

The following Corollary shows having enough measurements, we may get arbitrary close to the COPER’s solution

with this algorithm, with exponentially high probability.

Corollary 2. Consider the same setup as in Theorem Assume that ain]g ||ewsc — zOH =1-27 < 1, for some
€

7> 0. Then, if § < @, and

Cy 3 Cy, .. 1 9
> —= —_= _
m > max{( - ) = (dlma(}")loga) ,



after T iterations of GD-COPER,

inf

. 3
ol — zTH <@-2n1-7"+2,
6cR T

with probability at least
1-— Cge_ Cl?ﬁ\/m.

Here, C,Cs, C3 are the constants introduced in Theorem 2| with € = 1, and C4 is an absolute constant.

Proof. We apply Theorem |2| with € = 7, thus we need 7 =€ > Cgm_%, hence
3
m > (02) .
T
With a probability larger than 1 — Cse~C1Vm7+BIn2)T ¢ each jteration we have
R (SR R [ CRE R

hence,

Zip1 — ezeme = (‘

Zy — eie‘mH + 7') ’

2z —ewth + 36
<(A-7)(1-27)+35
<1-27,

since § < @ Therefore, by (26) and (27), we may deduce that

Ziy1 — ewt“mH <(1- T)’

z — ewth + 394.
Hence we get,

Hw — eieTzTH <(1- T)T

30

§(172T)(177)T+7.

Moreover, if G denotes the event under which Theorem |Z| holds, i.e. @) is satisfied, then

P(G) > 1— Cge~CrvmT+BIn2)r

CiVT
2170367 12 \/ma

once we have (3In2)r < Gryrm YT, or equivalently

c; 62>
m Z 74T27 CLIL = (C\'l) .

Since lim ; r = dim, (F), for large enough r, we have r < 1.5 dim, (F) log % Hence,

7—00 1 B

1\ 2
m > G (dima(]:) log 5) ,

T

where Cy = 2.25C}.

eiéow—on+35<1+1_T+(1_T)2+...+(1_T)T—1)

11

(23)

(24)

(25)

(26)

27

(28)

(29)



3
Since we assumed m > max ((C;Q) , % (dimg (F) log (15)2> , both (23) and (29) are satisfied. Then by (28)

we obtain
inf emar:—zTH <(1-27) (1—7')T+3—5. (30)
R - T
O
Remark 4. Consider the same setup as in Corollary |2 and let 7 = %. Then, for § < i, and
1
nzznmx{@uaf,404dnmxf)mgaf},
after 7T iterations of the GD-COPER algorithm,
: 1/3\"
inf [|ei?a — ‘<7 °) 126 31
auelRe:c zT_2<4>+ ; (31)
with a probability greater than 1 — Cge*%\/m, where C;, i € {1,...,4}, are positive constants.

Remark 5. If n is a large number (which is the case in almost all the applications of the phase retrieval), then we
can set § = % in Remark 4 and conclude that with m > C’, dim,, (F)? log® n measurements, GD-COPER can with
high probability obtain an accurate estimate of @ (with O(1/n) distortion). Hence, the number of measurements
GD-COPER requires is substantially more than the number of observations COPER requires. At this stage, it is not
clear whether this discrepancy is an artifact of our proof technique, the limitation of the GD-COPER algorithm, or
a fundamental limitation of the polynomial time algorithms. We leave the full study of this phenomenon for future
research. We should also mention that in the case of sparse phase retrieval [26] observed that even under a good
initialization the thresholded Wirtinger flow algorithm can recover the signal exactly with k2 log n measurements,
which is again consistent with our result. Furthermore, the paper presented other evidences to suggest that to obtain
a good initialization k2 log n measurements are required. It is also worth mentioning that [39]] has shown that convex

relaxation methods will not work if the number of measurements is less than ck?/logn for constant c.

Remark 6. Corollary [2| proves the accuracy of GD-COPER under an initialization that satisfies 01211; Heww — z0|| =
1—27 < 1. Finding an initialization that theoretically satisfies this condition is a good research direction for future
research. However, as will be clarified in our simulation results and has also be discussed elsewhere [|13]], the choice
of initialization seems to have a minor effect (almost none) on the performance of GD-COPER (and other iterative

algorithms). Hence, in our simulation results we have initialized GD-COPER with a white image.
Roadmap of the proof of Theorem 2] Let & = P¢, (e?*x). Since z;,1 = Pc,(s¢11) and & € C,, we have

Istr1 — &[> > [|se41 — 2o |

=llser1 — &[* +[& — 2141 ]* + 2R (2 — 2011)" (5041 — &) - (32)
Therefore,
& — 2141 ]|* < 2R (& — 2e41)" (& — 8441)) - 33)
Let
v, & LT Fn (34)

REEETEh
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Using this definition, (33) can be written as
& — ze1 | < 2R (v; (T — s441)) - (35)
Recall that E [Vda(z)] = 8m(zz* — zx*)z. Hence,
F—s1=x—elztelr— (2 — LE [VdA(Zt)} + - (E [VdA(Zt)] - VdA(Zt)>
8m 8m
o . 1
=z —elgpt+elip— (zt —zi+ (a:*zt)a:) + &m (VdA(zt) —E [VdA(zt)D
: - - 1
=z -z + (1—(Wa)z)elx + am (VdA(zt) —-E [VdA(zt)D . (36)

Note that ||z — e"*z|| < §,. Also, since by lemmawe have 1 — (e x)*z; = |le?rx — thQ and [[e” x| =

lv¢|| = 1, by the triangle inequality, from (33) and (36), we have

eiet

T *Zt+1H <

ey — 5&” +|& — ze41|

< 4§, +2R (’U: (CE — St+1))

~ 3 ] * 7 1 *
< 6+ 2||Ut|| ‘J: o eleth + 2(1 _ (ezetw) Zt)”th e gth + %5}% (Ut (VdA(zt) —E [VdA(zt)])>
10 2 1 *
< 0, + 26, +|e"tx — z¢|| + %% <vt (VdA(zt) —E [VdA(Zt)D) . (37)
Define event G as follows
A L * o : 0., _ z -2 - /
g= {4m§R ('v (VdA(z) E [VdA(z)])> Seelg]t;{He T —z|, v—|7|§37z/”, V&, z, 2z ECT}. (38)

One difficulty in bounding P (G) is that Vd 4(z) is summation of heavy-tailed random variables. To address this
issue, in Lemma [9] (stated and proved in Section [VI-D)), we develop a technique that yields sharp concentration
bounds for such summations. Applying Lemma [9] with 4e, for a given v € C" with ||v|| = 1 and z € C,, we get

constants Cy,C5,C5 > 0 for which, for every € > Cgm_%,

P ‘% (v* (VdA(Z) -E [VdA(Z)])>

> dme inf ||z — ZH < CgeCrvme, (39)
0cR
Hence, combining (39) with the union bound, for every e > Com™3%, we have

P (G) > 1 — 237 CgeC1Vme, (40)

Therefore, conditioned on G we have

1 * . 10 i0¢
%5}% <'vt (VdA(zt)fE [VdA(zt)D) §6012]§ ex — zi|| = €|le"tx — z¢]|, 41)
hence, (37) implies that, for all t € {1--- T},
Jeve el < (o] e 30

which in turn leads to (22).



IV. SIMULATION RESULTS

The main goal of this section is to experimentally evaluate the performance of our algorithm. Furthermore,
comparisons between our algorithm and Wirtinger flow will be presented to empirically evaluate the amount of gain
a compression scheme offers. Since the publicly available compression algorithms work with real-valued images, in
our simulation results we focus on real-valued signals and measurements only. Note that even though our theoretical
results are presented for complex-valued signals, the extension to real-valued signals is straightforward. For the sake

of brevity, we did not include such extensions.

A. Measurement matrices
. . . . L . iid
We consider two types of measurement matrices: (i) Gaussian measurement matrices in which 4;; ~ N(0,1),

and (ii) coded diffraction patterns in which the measurements are constructed in the following way:

2 T 1
Yil = kzz:lxk cos <n (k: + 2)) M g - (43)

In these measurements, M, modulates the entries of the signal and is drawn from the following distribution:

1 with probability

iid

M ~ § —1 with probability 1<k<n, 1<I<L. (44)

N e

0 with probability

Coded diffraction patterns have recently received attention in the phase retrieval problem since they can outperform
the Fourier matrices. Note that due to the construction of the coded diffraction measurement matrices, the imaging
system is over-sampled by the factor L. Our simulation results will cover L € {1,2,...,15}. As we will discuss
later, GD-COPER algorithm is capable of performing well even when L = 1. Note that given that the signs are

missing, this can be considered as an under-sampled situation.

B. Setting the parameters

1) GD-COPER: In our simulation results, we will be using natural images, and JPEG2000 compression algorithm.
In particular, we have used a python implementation of the JPEG2000 which is a part of the PIL package available
at : https://pillow.readthedocs.io/en/3.1.x/handbook/image-file-formats.html#jpeg-2000. The compression algorithm
has multiple inputs. The first one is the image itself. The other parameter that is important in our implementation is
the parameter “quality-layer”, denoted by ¢ in our paper, that controls compression ratio (or equivalently the rate).
Figure |1| shows the result of the compression-decompression for three different values of the parameter ¢. It is clear
from this figure that as ¢ decreases, the distortion in the reconstructed image reduces. The value ¢ = 0 corresponds
to the lossless compression.

The GD-COPER algorithm has three different parameters that require tuning: (i) initialization, (ii) the quality
parameter of the compression algorithm ¢ at every iteration, and (iii) the step size p. As will be discussed in Section

IV-D} our algorithm is not sensitive to the the initialization and in our simulation results, we start the algorithm with


https://pillow.readthedocs.io/en/3.1.x/handbook/image-file-formats.html##jpeg-2000

(@q=0 (b) g =50 (¢) g =100

Fig. 1: Compression with different quality-layers

the white image. Hence, in this section, we only describe how we set the step-size u; and the quality parameter ¢,
at every iteration. The problem of parameter tuning for iterative algorithms is a challenging problem that has not
been settled properly yet [35]]. Hence, after doing multiple runs of the algorithm we have found a set of parameters
that work well in practice. Below we summarize the chosen parameters for the Gaussian and coded diffraction
patterns. We should emphasize that better tuning are expected to improve the performance of GD-COPER. Below

we discuss our choice of parameters for the Gaussian and coded diffraction patterns separately.

o Gaussian matrices: The “quality-layer” and step-size parameters at step ¢ are set in the following way:

(45)

Note that ¢; = 0 means that the algorithm employs an almost-lossless compression. The main reason an
almost-lossless compression is used in the final iteration is that we are considering noiseless observations. We
run the GD-COPER for 50 iterations, since the error does not decrease much after that.

e Coded diffraction patterns: The value of parameters we chose for the coded-diffraction patterns is somewhat

different from the ones we chose for Gaussian matrices. For such matrices, we adopt the following parameters:

@=50 1<t<5

124l

m’ =20 6<t<30- (46)

¢ = max (60'770'4“, 0.02> X

=0 t>30

We run the GD-COPER for 50 iterations, since the error remains almost the same for further iterations. Again
these parameters are obtained by comparing a number of choices and choosing the one that seems to perform well

on a wide range of images and problem instances.



2) Setting the parameters of Wirtinger flow: The following parameters of the Wirtinger flow require tuning: (i)
initialization, (ii) step size. Most of the papers, including [20] suggest using the spectral method for the initialization
of the algorithm. Our simulation results, some of which are reported in Section show that the algorithm works
better when it is initialized with the white image. Hence, in all our simulations, except the ones in Sections
and we initialize the algorithm with a white image.

For setting the step size, we follow the suggestions of [20], and adopt the following policy:

= min (1= €™ i) @7)

where t, = 330, pumax = 0.4. Moreover, 300 iterations are used in all runs of Wirtinger Flow ( this is the number
which is suggested in the simulations of [20]) except for the cases that due to the divergence of algorithm the

machine terminates the run earlier. Divergence happens when the norm of z; goes to infinity.

C. Results

We present our results for Gaussian and coded diffraction patterns separately.

1) Gaussian measurement matrices: In our simulations, we consider seven different images shown in the first
column of Table [I All these images are chosen from “The Miscellaneous volume data-set”, which is publicly
available at http://sipi.usc.edu/database/database.php?volume=misc. Since the images are colored we have extracted
the luminance of the image and all the simulations are performed on gray-scale images. To reduce the computational
complexity of our algorithm (in the case of Gaussian measurements only) we downsample images to reduce their
size to 128 x 128. This size reduction helps us avoid the issues we face in storing i.i.d. Gaussian matrices. However,
it also reduces the structures that exist in an image. Hence, JPEG2000 loses some of its efficiency. Hence, we expect
the GD-COPER to perform better as the image size increases. This will become clearer when we work with larger
images in the coded diffraction pattern simulations.

After the downsampling, the signals’ dimensions are n = 16384. In Table[I, we have considered m = 32786, 16384,
12000, and 8192. Note that, in most of these systems, not only the measurements are phaseless, but also they are
undersampled.

In each setup, we compare the performance of our algorithm with that of the Wirtinger flow. In addition to
comparing the quality of the reconstruction via evaluating the peak-signal-to-noise-ratio (PSNR) we report the
run time of the algorithms as well. The run times of the algorithm are measured on a laptop computer with 2.8
GHz Intel Core i7 processor and 16 GB RAM. We can draw the following conclusions from the results reported

in Table [

(i) As expected, the Wirtinger flow does not do well when * < 1. This is in contrast to the performance of

GD-COPER that can obtain reasonable estimates even for m/n < 1. Note that in some cases, the Wirtinger

3PSNR is defined as

255
PSNR = 201o ——2
g10 ( MSE)

where MSE is the mean squared error obtained from the last iteration of the algorithm.
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TABLE I: Results for the Gaussian measurement matrices. Both the GD-COPER algorithm and the Wirtinger flow
are initialized with a white image. The setting of all the other parameters is described in Section [[V-B] The notation
DVG in the table refers to the fact that the algorithm either stops since the norm of z diverges to infinity, or returns

a result with negative PSNR.

Target % GD-COPER Wirtinger Flow
PSNR | Run time PSNR | Run time

P T 05 | 2322 112 DVG 8.68
oY g | 073 | uM 152 DVG 152
5 ‘e | 10 | 2563 18.9 DVG 30.6
20 | 31.79 293 DVG 106.

0.5 | 2258 13.1 4.83 393

073 | 24.79 15.6 6.5 60.3

10 | 2643 179 8.68 79.6

20 | 3191 313 17.71 135.

05 | 21.42 11.9 DVG 134

073 | 23.73 152 DVG 33.1

1.0 | 2584 18.8 10.94 82.8

20 | 3236 30.1 29.66 136.

05 | 255 12.2 DVG 14.2

073 | 27.43 139 DVG 22.1

1.0 | 29.15 18.3 DVG 417

20 | 3476 | 296 33.36 140.

0.5 | 22.03 124 3.92 43.1

073 | 24.08 15.1 5.68 59.0

1.0 | 26.67 17.4 7.94 7422

20 | 33.07 28.4 14.35 143.

0.5 | 21.83 112 DVG 7.64

073 | 2335 157 DVG 20.7

10 | 2452 19.9 DVG 34.1

20 | 3267 28.8 35.65 135.

0.5 | 17.49 10.9 DVG 10.9

073 | 18.68 14.4 DVG 209

1.0 | 21.44 19.0 DVG 37.8

20 | 29.04 29.8 3274 140.

flow can do as well as GD-COPER when °* = 2. This happens because we have downsampled the images to
128 x 128 size, and hence we have removed some structures that JPEG2000 could otherwise employ. In other
words, JPEG2000 cannot efficiently reduce the size of such images, and hence GD-COPER is not capable of
employing the structures of such images either. In the next section, GD-COPER works with large images (we
can do this with coded diffraction patterns), and will outperform the Wirtinger flow with a larger margin. See
Figure 2| for a visual comparison of the GD-COPER and Wirtinger flow algorithms.

(ii)) GD-COPER is faster than the Wirtinger flow. Note that each iteration of GD-COPER is computationally more
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2: First row: outcomes of GD-COPER for different values of m/n. Second row: outcomes of Wirtinger Flow

for different values of m/n. The original image is shown in the left column. The measurement matrix is Gaussian.

demanding than that of the Wirtinger flow. However, GD-COPER requires less steps to obtain a good estimate
of the signal. Figure 3] compares the normalized MSE (we have normalized the mean square error, by the energy
of the underlying signal) of GD-COPER as a function of the iteration number with that of the Wirtinger flow.
We can see that GD-COPER converges in 10 iteration, while Wirtinger flow requires around 200 iterations to

get to a comparable error if it does not diverge.

2) Coded diffraction model: In this section, we evaluate the performance of our algorithm on the more practical

coded-diffraction measurements. Again, we work with the seven images we introduced in the last section. However,

given the fact that in the case of the coded diffraction patterns the measurement matrix is not explicitly stored

we will use images in their original sizes, 256 x 256. We compare the performance of GD-COPER with that of

the Wirtinger flow for different m/n ratios. Tables [lI] and [[II| summarize our simulation results. Again we should

emaphasize that both the GD-COPER and Wirtinger flow are initialized with an all-white image. We can draw the

following conclusion from Tables [IT] and [[TI}

y

2)

Again for lower values of the sampling ratio m/n such as m/n < 5 Wirtinger flow is not capable of finding
a good estimate. However, GD-COPER obtains an accurate estimate for m/n < 5, and even for m/n = 1.
If we compare these simulations with the ones we had for Gaussian matrices, it seems to be the case that
the discrepancy between the performance of the Wirtinger flow and GD-COPER has increased in the coded-
diffraction simulation. Part of this is a result of the fact that our simulations have been performed on larger
images for which JPEG2000 is more efficient.

As we increase the number of masks, usually after L = 10 the performance of GD-COPER saturates, while

Wirtinger flow continues to improve. There are two effects that cause the saturation of the GD-COPER: (i)
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Fig. 3: Normalized mean square error as a function of the iteration number for four different values of m/n. The

original image is the same as the one chosen for Figure E}

Given that the compression is applied at every iteration, even though it is in its loss-less mode, it still imposes

some quantization to the estimates. (ii) Suboptimal parameter tuning. We believe that the performance saturation

of the algorithm does not cause a major issue in practice since it happens at very high values of PSNR, e.g.

40 dB. However, as a result of the saturation, we see that in most cases, when m/n > 15, then the Wirtinger

flow outperforms GD-COPER (for the sake of brevity we have not included the results of m/n > 15 in our

tables). Hence, if extremely accurate estimates of the signal are required (e.g. PSNR= 50 dB) and we have

enough masks, then the Wirtinger flow should be preferred over GD-COPER.

3)

The computational complexity of GD-COPER is comparable with that of the Wirtinger flow. Note that each

iteration of GD-COPER is computationally more demanding than that of the Wirtinger flow. However, GD-

COPER requires less steps to obtain a good estimate of the signal.
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TABLE II: Comparison between the Wirtinger flow and the GD-COPER with the coded diffraction patterns for

different values of m/n. The true images of the simulations are shown in the first column.

GD-COPER Wirtinger Flow GD-COPER Wirtinger Flow
Target w - : Target - - :
PSNR | Run time PSNR | Run time PSNR | Run time PSNR | Run time
1 27.8 13.0 DVG 1.2 1 22.2 14.2 5.1 2.9
2 34.7 16.9 DVG 2.0 2 30.8 18.0 8.1 5.5
3 36.2 18.1 DVG 2.7 3 34.8 16.9 11.1 6.3
4 39.7 19.8 DVG 4.2 4 38.0 15.7 14.1 6.3
5 42.1 14.2 DVG 4.1 5 38.9 18.1 17.2 8.0
P 6 38.5 14.6 DVG 43 6 43.3 14.8 19.9 7.9
ﬁf‘ s 7 42.7 15.4 DVG 5.7 7 43.3 15.0 235 9.1
' X 8 44.5 15.6 DVG 6.2 8 47.4 15.1 26.5 10.1
9 389 16.1 23.6 18.9 9 453 16.3 29.4 13.4
10 49.1 15.1 17.8 12.7 10 45.8 15.7 33.0 12.8
15 38.6 17.3 13.0 23.0 15 49.3 17.1 47.8 22.8
1 19.4 14.3 4.1 2.8 1 25.2 13.8 DVG 1.4
2 28.6 19.5 7.2 5.1 2 325 18.1 DVG 3.2
3 334 17.6 10.1 7.4 3 359 17.2 13.4 6.8
4 34.5 14.4 13.1 59 4 38.7 14.8 16.4 5.8
5 39.0 14.9 16.2 7.4 5 38.2 15.8 19.5 7.8
6 40.2 15.0 18.9 8.0 [§ 43.1 14.9 22.4 8.1
7 44.0 14.8 224 9.1 7 45.1 15.0 25.8 9.2
8 459 15.3 25.2 10.0 8 429 15.2 28.9 10.0
9 45.6 15.1 28.0 11.4 9 447 15.3 31.7 11.8
10 474 15.7 31.8 12.9 10 50.0 16.0 35.2 13.1
15 50.9 19.6 44.1 29.8 15 439 17.4 50.8 245

D. Robustness of GD-COPER with respect to initialization

As we discussed in Section the performance of GD-COPER is not sensitive to the initialization. In this
section, we present some of our evidence that supports this claim. Given that our simulation results are similar for
both coded diffraction patterns and Gaussian measurements, we only report our simulations for the coded diffraction
patterns. In order to observe the impact of initialization we considered the following initialization: Let = denote the
underlying signal we want to recover, and let x,, denote the vector that corresponds to an all-white image. A simple
initialization that we can use in practice is x,, while the best oracle-initialization is x. Hence, we can consider the
family of initializations

Tinit = AT, + (1 — Nz,

for A € {0,0.1,0.2,...,0.9,1}. We expect the smaller values of A to return better initializations. Tables and
VIII| evaluate the performance of GD-COPER for different initializations and different images. The other parameters
of GD-COPER are set according to the strategy described in Section As is clear from our simulation results,
the initialization schemes have much larger impacts on the Wirtinger flow compared to GD-COPER. In fact, the

GD-COPER is not very sensitive to the choice of initialization and in most cases, the difference between the best
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TABLE III: Comparison between the Wirtinger flow and the GD-COPER with the coded diffraction patterns for

different values of m/n. The true images in the simulations are shown in the leftmost column.

GD-COPER Wirtinger Flow GD-COPER Wirtinger Flow
Target w - : Target - - -
PSNR | Run time PSNR | Run time PSNR | Run time PSNR | Run time
1 29.3 14.2 DVG 1.4 1 23.1 13.8 DVG 1.4
2 34.0 18.5 DVG 2.7 2 28.0 17.9 DVG 2.6
3 36.8 17.6 DVG 4.7 3 32.0 17.9 DVG 3.7
4 38.0 15.1 17.6 6.1 4 343 18.4 16.2 7.1
5 40.7 15.9 20.4 8.0 5 38.1 16.9 19.0 9.2
6 442 14.6 22.8 8.2 6 38.5 15.3 21.2 8.0
7 42.1 14.9 28.1 9.2 7 42.0 15.2 22.6 9.2
8 40.7 16.2 30.5 9.8 8 44.6 15.6 29.2 9.9
9 422 16.0 338 11.8 9 432 19.4 323 14.7
10 49.9 16.3 37.6 13.1 10 43.0 16.3 36.1 13.1
15 41.8 16.9 52.1 23.0 15 52.0 17.5 49.7 234
1 27.2 13.8 DVG 1.4
2 323 16.6 DVG 2.1
3 35.8 16.9 DVG 39
4 36.4 17.1 15.6 7.3
5 38.7 15.1 17.9 6.7
[§ 39.4 14.9 20.1 7.8
7 429 15.1 27.1 8.9
8 47.5 15.6 30.5 10.1
9 40.9 18.2 332 18.9
10 47.6 15.9 36.9 13.0
15 48.6 17.7 533 23.0

initialization and worst initialization is less than 2 dB. In contrast to GD-COPER, the performance of the Wirtinger
flow is very sensitive to the choice of the initialization. For this reason, the spectral method is often used for
the initialization of the Wirtinger flow algorithm. In the next section, we will show that the initialization of the
Wirtinger flow algorithm with an all-white image is often better than the spectral initialization. However, we should
emphasize that this phenomenon is only true for the real-valued signals, and has not been tested on complex-valued

signals.

E. Spectral Initialization

Another claim we made in Section [[V-B| regarding the initialization was the fact that Spectral initialization does
not seem to help the Wirtinger flow beyond what is offered by an all-white image initialization. We show part of
our evidence regarding this claim. Tables [[V] - [VI] summarize some of our findings. In these table the ‘n-init-err’
shows the normalized mean square error of the initialization. Note that in most cases the spectral methods does
not offer a closer point than the all-white image except when we have * > 7. Moreover, when we have many
observations and the initial point offered by the Spectral method is closer than the white image, Wirtinger Flow

usually performs better starting from the white image. This shows the initial distance is not the only important
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TABLE IV: Wirtinger Flow performance with spectral and all-white initialization

Target % All-white Spectral
n-init-err | PSNR | Run time n-init-err | PSNR | Run time
1 0.57 DVG 1.7 1.39 DVG 2.4
2 0.57 DVG 1.4 1.39 DVG 4.4
3 0.57 17.1 43 1.39 DVG 6.2
4 0.57 20.3 5.5 1.37 DVG 7.4
5 0.57 232 6.5 1.37 DVG 9.3
6 0.57 26.9 7.7 1.38 DVG 11.2
7 0.57 29.4 9.8 1.13 DVG 12.3
8 0.57 32.8 135 0.89 DVG 16.2
9 0.57 36.2 17.5 0.63 9.4 74.8
10 0.57 39.0 445 0.64 DVG 325
15 0.57 51.3 50.6 0.49 20.5 99.4
All-white Spectral
Target % — - — -
n-init-err | PSNR | Run time n-init-err | PSNR | Run time
1 0.86 DVG 2.8 1.39 DVG 4.8
2 0.86 12.1 9.1 1.39 DVG 8.4
3 0.86 15.1 11.4 1.39 DVG 10.9
4 0.86 18.2 14.9 1.39 DVG 13.6
5 0.86 21.1 20.0 1.41 DVG 15.1
6 0.86 24.2 25.1 1.37 DVG 17.1
7 0.86 27.4 28.2 1.06 DVG 19.5
8 0.86 30.4 28.4 0.9 DVG 22.8
9 0.86 334 31.6 1.33 DVG 26.0
10 0.86 35.5 322 0.6 24.4 56.1
15 0.86 56.7 43.7 0.48 11.0 81.7
Target % All-white Spectral
n-init-err | PSNR | Run time n-init-err | PSNR | Run time
1 0.98 DVG 2.6 1.39 DVG 5.0
2 0.98 DVG 2.8 1.39 DVG 72
3 0.98 14.0 9.6 1.39 DVG 8.9
4 0.98 17.0 11.9 1.4 DVG 10.6
5 0.98 20.0 15.9 1.38 DVG 12.6
6 0.98 232 17.7 1.21 DVG 15.0
7 0.98 26.1 21.8 1.31 DVG 17.0
8 0.98 29.0 24.1 1.39 DVG 17.9
9 0.98 322 26.2 0.65 20.4 30.8
10 0.98 34.7 13.6 0.6 21.3 30.9
15 0.98 57.1 219 0.48 21.2 553

factor to the convergence of Wirtinger flow (this is an artifact of the fixed parameter tuning that has been proposed
for the Wirtinger flow). For instance, if the norm of the gradient at the starting steps, when the step-size defined in

is large, remains high, then the algorithm may diverges.



TABLE V: Wirtinger Flow performance with spectral and all-white initialization

All-white Spectral
Target % — R . .
n-init-err | PSNR | Run time n-init-err | PSNR | Run time
1 2.84 5.1 2.6 1.39 DVG 3.1
2 2.84 8.1 3.6 1.4 DVG 4.9
3 2.84 11.0 4.7 1.39 DVG 7.1
4 2.84 14.1 5.5 1.4 DVG 8.8
5 2.84 17.3 6.9 1.38 DVG 10.6
6 2.84 20.3 8.3 1.36 DVG 12.3
7 2.84 229 9.7 1.36 DVG 14.2
8 2.84 26.2 11.1 1.39 DVG 16.2
9 2.84 28.4 12.8 1.1 DVG 17.8
10 2.84 323 13.4 0.6 20.8 30.8
15 2.84 45.0 222 0.48 39.7 53.4
All-white Spectral
Target n
" n-init-err | PSNR | Run time n-init-err | PSNR | Run time
1 0.83 DVG 1.4 1.39 DVG 3.1
2 0.83 12.6 3.8 1.39 DVG 5.1
3 0.83 15.6 4.7 1.39 DVG 6.8
4 0.83 18.6 5.6 1.39 DVG 8.7
5 0.83 21.5 6.7 1.31 DVG 10.1
6 0.83 24.8 8.1 1.36 DVG 12.2
7 0.83 28.0 9.5 1.27 DVG 14.1
8 0.83 30.9 10.7 0.7 DVG 21.6
9 0.83 33.6 12.3 1.05 DVG 17.9
10 0.83 36.3 13.0 0.85 DVG 19.6
15 0.83 59.3 225 0.48 28.5 54.0
All-white Spectral
Target % — R . .
n-init-err | PSNR | Run time n-init-err | PSNR | Run time
1 1.25 74 2.5 1.4 DVG 3.0
2 1.25 10.4 33 1.39 DVG 49
3 1.25 13.5 49 1.39 DVG 6.5
4 1.25 16.5 5.7 1.38 DVG 8.1
5 1.25 19.3 7.1 1.4 DVG 10.2
6 1.25 22.6 8.0 1.32 DVG 12.2
7 1.25 259 9.9 1.02 DVG 13.7
8 1.25 28.6 10.6 0.71 11.1 239
9 1.25 31.9 223 0.77 DVG 22.1
10 1.25 343 273 0.64 DVG 25.2
15 1.25 55.2 42.8 0.49 24.2 79.6

23
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TABLE VI: Wirtinger Flow performance with spectral and all-white initialization

Target m All-white Spectral
" n-init-err | PSNR | Run time n-init-err | PSNR | Run time
1 4.92 4.1 5.0 1.4 DVG 5.3
2 4.92 7.1 6.1 1.39 DVG 8.1
3 4.92 10.1 10.1 1.38 DVG 10.0
4 4.92 132 9.6 1.39 DVG 13.0
5 4.92 16.0 8.8 1.39 DVG 13.0
6 4.92 19.0 13.0 1.36 DVG 17.2
7 4.92 21.5 13.6 1.29 DVG 19.3
8 4.92 24.1 21.0 0.86 DVG 23.6
9 4.92 25.9 17.6 1.34 DVG 18.4
10 4.92 28.4 13.7 0.62 30.9 35.1
15 4.92 37.2 315 0.48 36.0 64.5

V. DISCUSSION OF OUR ASSUMPTIONS

In the proof of the convergence of GD-COPER in Theorem [2] we made two assumptions:

D) ||z[|3 =1 and ||z]|3 =1 for all z € C,.

2) Pe, (1) = D,r(E:(+)), i.e. the application of the encoder and decoder of a compression algorithm is equivalent

to projecting a signal on the closest code-word.
First, note that we can obtain a good estimate of the norm of the signal, and normalize the measurements and
pretend that the signal satisfies ||z||3 = 1. Below we present one approach to execute this normalization. Suppose
that y =|Ax|. We have
E lyel’] = E lyiue] = E [2” ajara] = 2n]]”.

1
2nm

2 P 2 . P . o . ..
Hence, llyl|© — |l«||, where the notation — denotes convergence in probability. Hence, if we divide our

measurements by |/ 5— ly||%, then we can assume that ||z||» = 1. Once we know that the magnitude of the signal
is equal to one, we can modify any compression algorithm to have the property |23 = 1 for all z € C,., by dividing
the output of the decoder by its magnitude. One question that we still have to address though is the following:
Often times the estimate of the magnitude of the signal is random and may deviate from what we expect. Hence,
we may end up having a signal & whose magnitude satisfies |[|x||3 — 1| < v where « is a small number. What
would be the impact of such an error in the performance of GD-COPER? In particular, one would hope that this

error does not accumulate in the iterations of the algorithm. Our next theorem proves this claim.

Theorem 3. Consider a fixed signal x € Q that satisfies |||z||3 — 1| < 7. Define z; € C, as in with pn = g—.

Suppose that for all § € R, ez € Q. Define 6, £ arg reni]gHzt — eme. For all € > Cym™3, with probability at
€

least 1 — Cye=C1VmetBIn2)r yohere €, Cy, Cs > 0 are absolute constants, for t = 1,2, ..., we have

Hth — ewta:H < (Hzt — ew’mH + e) Hzt — ewta:H + 36, + 7. (48)
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TABLE VII: The impact of initialization on the performance of GD-COPER and Wirtinger flow. “n-init-error” is

the normalized mean square error of the initialization. The initializations chosen in this simulation are in the form

of @init = A\, + (1 — M), where x, is an all-white image and x is the true signal.

m _q m _ 9 m _3
Target n-init-error | A i n n
GD-C WF GD-C WF GD-C WF

0.0 0.0 | 29.94 inf 32.55 inf 34.23 inf

0.49 0.1 29.46 DVG 32.03 DVG 33.79 | 26.78
0.98 0.2 | 29.25 DVG 32.03 DVG 34.03 | 24.11
1.48 0.3 | 28.36 14.55 32.19 17.57 33.96 | 20.59
1.97 04 | 27.12 12.06 31.22 15.07 33.18 18.09
2.46 0.5 25.0 10.13 30.63 13.13 33.59 16.15
295 0.6 | 23.03 8.54 30.67 | 11.55 3332 | 14.57
3.44 0.7 21.41 7.2 29.66 10.21 33.21 13.22
3.94 0.8 | 20.59 6.04 28.51 9.04 31.37 12.05
4.43 0.9 | 20.36 5.01 27.69 8.01 30.89 11.01
4.92 1.0 18.52 4.09 27.95 7.09 31.82 10.07

m o _ m o _ mo_
Target n-init-error | A o o o
GD-C WF GD-C WF GD-C WF

0.0 0.0 | 30.17 inf 34.68 inf 37.67 inf

0.08 0.1 29.53 | DVG 34.59 DVG 37.32 DVG
0.17 0.2 29.6 DVG 33.67 DVG 37.35 DVG
0.25 0.3 | 29.65 | DVG 33.6 DVG 37.74 | DVG
0.34 0.4 | 29.32 | DVG 33.7 DVG 37.51 DVG
0.42 0.5 | 28.18 | DVG 34.19 DVG 36.64 18.73
0.5 0.6 | 27.68 | DVG 34.92 DVG 35.95 19.86
0.59 0.7 | 2837 | DVG 35.08 DVG 35.92 18.66
0.67 0.8 | 28.13 | DVG 35.12 14.24 36.23 17.56
0.76 0.9 | 29.21 DVG 34.79 13.43 36.04 16.54
0.84 1.0 | 29.15 | DVG 34.16 12.59 35.64 15.63

Proof. Note that we still assume that for all z € C,, we have ||z||3 = 1, since this condition is straightforward
to satisfy exactly (given that the output of decoder is available and hence we can directly normalize it). Since the
proof of this theorem is similar to the proof of Theorem Theorem [2] we skip most of the steps, and only mention

the ones that are different. By following the steps in the proof of Theorem [2] that led to (36) we obtain

; o , , 1
&— s =& — ez 4+ (1 - () z)ex + S (VdA(Zt) —-E [VdA(Zt)D ~ (49)

In the proof of Theorem [2| we claimed that (1 — (e?z)*2z;) = 3 ||e?*a — thQ. Clearly, this is not true any more.

Instead we have

2 1
— Sllell® -

5 (e a)*2y).

1
Z4(1—
2+(
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TABLE VIII: The impact of initialization on the performance of GD-COPER and Wirtinger flow. “n-init-error” is

the normalized mean square error of the initialization. The initializations chosen in this simulation are in the form

of @init = A\, + (1 — M), where x, is an all-white image and x is the true signal.

m _q m _ 9 m _ g
Target n-init-error | A o R n

GD-C WF GD-C WF GD-C WF
0.0 0.0 | 27.84 inf 31.55 inf 35.11 inf
0.09 0.1 28.04 | DVG 31.5 DVG 35.19 DVG
0.17 0.2 | 2744 | DVG 31.24 | DVG 35.12 | DVG
0.26 03 | 2699 | DVG 31.47 DVG 3526 | DVG
0.35 04 | 26.68 | DVG 31.23 DVG 35.02 DVG
0.43 0.5 | 26.89 | DVG 31.62 | DVG 34.66 19.12
0.52 0.6 26.5 DVG 32.18 | DVG 33.89 | 18.97
0.61 0.7 26.69 DVG 324 DVG 33.54 17.94
0.7 0.8 | 26.56 | DVG 31.97 13.86 33.71 17.13
0.78 0.9 26.26 | DVG 31.74 12.92 34.16 16.12
0.87 1.0 | 26.71 DVG 32.0 12.11 34.6 15.21

m —1q m _ 9 m —
Target n-init-error | A n n o

GD-C WF GD-C WF GD-C WF
0.0 0.0 | 23.65 inf 26.23 inf 27.53 inf
0.1 0.1 23.55 | DVG 26.26 | DVG 27.65 DVG
0.2 0.2 | 23.69 | DVG 26.14 DVG 27.68 DVG
0.3 03 | 2349 | DVG 26.28 DVG 27.46 | DVG
0.39 04 | 2345 | DVG 26.14 DVG 27.49 DVG
0.49 0.5 | 2349 | DVG 26.13 DVG 27.6 DVG
0.59 0.6 | 2345 | DVG 26.19 DVG 27.56 | DVG
0.69 0.7 | 2348 | DVG 26.18 DVG 27.43 16.88
0.79 0.8 | 22.82 | DVG 26.44 12.72 27.53 15.9
0.89 0.9 | 2297 | DVG 26.43 11.9 27.5 14.92
0.99 1.0 | 22.62 | DVG 26.27 11.03 27.56 14.0

Hence, we will conclude that

IN

IA

IN

IN

g —

(ST + 28% (’U;;< (ii — St+1))

b, + 2| — ]| + 21— (@) z) oul |

Or + 20, +

30, +v+

elix — 2,

ey — 2,

2

3| +1@ - 20l

+ ﬁﬂ? <”f (VdA(Zt) —E [Vd“‘(zt)})> '

el 1 g (o (Viatz) < B [T )

The rest of the proof is exactly the same as the proof of Theorem [2] and is hence skipped.

We would like to emphasize that given the linear convergence of the GD-COPER, the accumulation of the error

due to v will be negligible and the error in the estimation of the magnitude of ||x||? does not have any major

o+ o (o7 (Vaa(en) - B [Vaa(a0)]) )

O
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impact on the performance of GD-COPER.

We now turn our attention to the second assumption, i.e. the assumption that Pc_(-) = D.,.(E,-(+)). We would like
to first emphasize that ideally, this is what a compression algorithm should do. If an image compression algorithm
maps an image to a codeword that is far from the original image, that is an indication of the fact that the compression
algorithm is not good. However, it is also reasonable to consider situations in which multiple codewords are close
to an image and the compression algorithm does not pick the one which is the closest to the image because of some
non-ideal strategies that is chosen to reduce the computational complexity. Hence, again we can ask whether the
GD-COPER algorithm is robust to such non-ideal compression algorithms? In the rest of this section, we pursue
the following two goals:

1) Provide a few examples to convince the readers that most of the standard compression algorithms try to mimic

a projection onto the codewords.
2) Suppose that even though the compression algorithm is non-ideal and does not find the closest codeword, it
is still capable of finding a codeword that is in the vicinity of the closest codeword. We aim to show that the

performance of GD-COPER algorithm is robust to such non-idealities.

Let us start with an example that is the cornerstone of several important compression algorithms. Suppose

Q C [0,1]" is the set of approximately sparse signals. For instance, for some p < 1

0~ {w ey, Jal, < c}.

The main idea of many compression algorithms is to approximate the signals in Q with k-sparse signals and
encode the k-sparse signal. For simplicity suppose that we are given the k. Let r; = k[logn] + k(¢ + 1) denote
the rate of our compression algorithm. Let & : @ — {0, 1}k“°g "! encode the location of & largest elements of x.
Furthermore, to code the magnitudes of the non-zero coefficients we consider & : Q — {0, 1}k(t+1) that consider
the k largest components of  and codes each of them with ¢ + 1 bits (does a binary expansion and keeps the ¢+ 1
most significant bits).

More precisely, if € = (1, x2,...,x,) € Q, where 1 < iy < iy < ... < i < n are the location of its k-largest
elements, then

& () = (B(ir), ..., B(ix)) (50)

where B(i) denotes the binary expansion of positive integer 7. Note that since indices are less than or equal to n,
log7 bits are enough to code each of them. Moreover, if z; = 3377 ¢; ;277 with ¢; ; € {0,1}, denote the binary

expansion of x;, then

Eo(®) = ((€iy 15 €i1,20- -+ iy t1)s oo (€ig 1 €ig 2, -5 € t41)) - (51D

Note that this type of coding is very close to what happens in e.g. JPEG and embedded zero tree wavelet (EZW) com-
pression algorithms. Both compression algorithms first transform the image to a domain that is more compressible,

e.g. Fourier and wavelet, and then code the location and magnitudes of the largest coefficients similar to what we
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did aboveE] The decoder of the compression algorithms has access to the locations of the largest coefficients from the
klog n bits that it received from the encoder. Hence, it can easily use (€;,,1, €i,,25 -+ €iy t41)s -+ (€if 15 €25 -+« » €ig t41)
to find the magnitudes of the signals at those locations. Define 'y, = {x € [0,1]" : ||z|/o < k}. One can easily

confirm that

t
Cr, =Dy, (£,(Q) =Syl y; = ZGi,jQ_j, ei; € {0,1}
j=1

It is straightforward to show that in these types of compression algorithms Pc, (-) = D, o &.(-). For the sake of
completeness we include a brief proof below. Suppose that the choice of codeword for the projection is unique.
For notational simplicity we drop the subscript ¢. To prove this formally, let « € [0,1)" be an arbitrary vector and
let y =D, (&, (x)) and z = P¢, (x). We have to show y = z. Since z € C,, it has at most k non-zero coordinates.
Firstly, we claim location of these non-zero coordinates have to match with the largest coordinates of x. If this
does not hold, one can swap two coordinates of z and get smaller distance to x by noting that if x; < x; and
z; > 0,z; = 0 then
(x; — zi)2 + a:? < (xj — zi)Q + 22,

which contradicts with z being the projection of x. Furthermore, if y; = 2221 ei’j2_j and z; = Z;Zl €m~2_j
then |z; —y;| < 27%71 and |z; — z;] < 277! implies |y; — 2;| < 2% which yields |z; — y;| = |z; — 2;|. Note
that there can be a case where y; # z; while they have the same distance from z;. As an example, consider

t=0, ; =0.5, y; =0, z; = 1. This yields for every i that |z; — y;| <|z; — 2;|. Hence
e -yl <llz -z,
which means y = D(E(x)) is also a projection on C,.

Now, let us turn to another point we would like to make, that is, even if the compression algorithm is not
an accurate projection, GD-COPER can still perform an accurate recovery. Towards this goal we assume that the
operation of D(€(x)) is not a projection, but has some error. In other words, we assume that

ID(E(@)) — Pe, (@) < -
Our next theorem proves that if v is not too large, then GD-COPER given by the following iteration can still
perform well:
St41 = 2¢ — pVda(zt),

Zip1 = Dp(Er(8141))-

Theorem 4. For a fixed signal x € Q, define z; € C,. as in with (i = ﬁ. Suppose that for all § € R, ez € Q.

Define 0, £ arg gnil%Hzt — ewazH. For all € > Com™3, with probability at least 1 — Cze=C1VmetBIn2)r yypope
€

C1,C5,C3 > 0 are absolute constants, for t = 1,2, ..., we have

Hth - ewfacH < <Hzt - ewth + 26> ’zt — ewta:H + 30, + 27+ /27(0- + 1L +¢). (52)

4There are some minor tweaks in the actual JPEG and EZW. Since coding the locations of the largest coefficients requires a large number

of bits, they often use techniques such as counting zero runs or coding along the trees to reduce the number of bits.
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Before we prove this theorem, let us interpret it. Everything in the theorem is similar to what we had in Theorem
The only difference, is the term 2v++/2v(d, + 1 + €) added to the error. Again given the geometric convergence
of the algorithm the total error after 7" iterations does not accumulate much and remains at the same order. It is

clear that if v is small, then the GD-COPER algorithm performs well.

Proof of Theorem H] Since the proof is very similar to the proof of Theorem [2] we do not repeat the entire proof
and only emphasize on the aspects of this proof that change. Let & = P, (e’®*x), and define w; 1 = Pc, (8¢41)-

In this case, we know that z;11 = D(E(s¢+1)) and we have
|werr — 2zl < (53)
Since x € C,., we have
Isi41 — 2|7 > llse 1 — wiga ]
= llstr1 = ze1 |12 + 2601 — wea [P + 2R (241 — wig1)* (041 — 2041))
> ||3t+1 - Zt+1||2 + 2R ((Zt+1 - wt+1)*(5t+1 - Zt+1)> y

where to obtain the last inequality we used the Cauchy-Schwartz inequality, (33), and the fact that both s;4; and

Z:4+1 have unit norms. Therefore, we have

[st41 — CNB||2 >[st41 — Zt+1H2 +2R ((Zt+1 —We1) " (St41 — Zt+1))
=llsip1 — |7 +1|1& — 21 l” + 2R (@ — 2001)" (5011 — B))
+ 2R ((ze41 — weg1) (841 — @) + 2R ((Zeg1 — wig1) (& — 2041)) -

Hence,

& — zeq1]|” < 2R (& — 2e31) (@ — 8e41)) +2R (a1 — Ze41) (8041 — &) F2R (o1 — 2041)" (& — 2e41))

(54
Recall that E [Vda(z)] = 8m(zz* — xx*)z. Thus,
. . 1 1
s =& —cPztela— (Zt ~ 3, E [Vda(z)] + 3 (E [Vda(z)] - VdA(Zt)>>
) ) 1
=z — ey 4oy — (ze — z¢ + (" 20)) + Zm (VdA(zt) -E [VdA(zt)])
) , . 1
=z -z + (1- (") )" e+ — (VdA(zt) —E [VdA(zt)]) . (55)
Note that || — e'x|| < §,.. Also, since 1 — (et x)*z; = £|e @ — thQ and || x|| =||v;| = 1. Let
v & EoE (56)

|2 — zepall
and

§, & Wl T Fei1 (57)
|wes1 — ze4 |
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Then we have
& = ze41l” < 2R (@ — 2e401)" (@ = 8141)) + 2R (i1 — 2e41)" (8041 — &) + 2R (Wig1 — 2041)7 (& — 2e41))

<202 = ze [|R (07 (@ = 5641)) [+ 29R ((D041)" (5641 — 2)) [+ 29[R (9041)" (& — 2441)) |

] e 2 1
<2)& -zl | 8+ 5| @ — = + §R<vt(8m (Vda(z)) - E [wA(zt)})))‘
1 10 2 * 1 ~
+ 2y 5T+§ ete —zl| +|R vt(% (VdA(zt)f]E [VdA(zt)])> + 29]|& — ze41 |- (58)

Define events G and é as follows

1 - - )

gé{m% (U* (VdA(z)—IE[VdA(Z)D) < cnk[le% 2. v:lﬁ, Vz,:i:eC,}, (59)
_ /

gé {Zl;l:n% <’Z)* (VdA(z)_E [VdA(Z)])> §69H€1]£ eww—Z‘7 @:”":_7’:/”7 Vz,z’ Gcr}. (60)

Similar to the proof of Theorem 2] we can bound the probabilities of these events. In particular, we have constants

C1,Cs,C3 > 0 such that for every € > Cgm’%,

P ‘5}? (v* (VdA(z) —-E [VdA(z)])> > 4dme ein{{Hewa: - zH < Cgefcl‘/mi. (61)
c
Hence, combining (]3_-1'[) with the union bound, for every € > Cgm*%, we have
P(G) > 1 — 2% Cge”C1VMe, (62)
Similarly, we have
P (g) > 1 — 93 (Cye~Crvme, (63)

Therefore, conditioned on G N G we have

%% (vt (VdA(zt) —E [VdA(Zt)D) < 691161]%“eww — th =el|lex — 2.
Hence, (58) implies that, for all t € {1---,T},
. 2 . L)l e 2 0
[T = zes1l|” < 2[T — 2441 ] 5r+§ e'r — z¢|| teeT— 2z
Ll o 2 i0 -
+ 2y 5r+§ e f:c—th + €lle tw—zt“ +29[|& — ze41]|
- Lyl o 2 i0
<2/ — zpq1 | 5r+§‘e‘ tr— z¢|| +e|leim— 2zl +7 ) + 2900 + 1+ €). (64)

Given that we have a quadratic function of || — z;41| with one negative and one positive root, it is straightforward

to see that || — z;1]|| should be smaller than the positive root. By bounding the positive root we obtain

2
+ €

ey — 2,

erx — 2,

- 1
| — z¢41]| <2<5r+2 +’y> + 2706, +1+¢).
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Hence,

" 2 0
e"te — z4|| +elleTtx — 24

. 1
ewtﬂ’/’*zt—&-l” §5r+2<6r+2

+’Y> + V2790, +1+¢€)

Wi — th) .

<30, + 27+ /270, + 1+ ¢€) +

g — th (26 +

VI. PROOFS
A. Preliminaries

Lemma 1. i[nf )Heww — yH achieves its minimum at a value of 0 that makes e~"x*y a positive real number,
6€[0,2m

and for that 6 we have

2
i 2 2
ez —y|| =2l + ]yl - 20"y

= (el = llwl)* +2 (/Y —|="y]) -
Proof. Let z = ex
lz—yl* = (z—9)" (- y)
=|l2l” +llyl* - 2R(z"y)
>z +lyl* - 2|z"y]
=l +[ly|* - 2l="y].

Note that equality holds only when R(z*y) =|z*y

, which proves our claim. O
Lemma 2. For any two vectors x and & in C™, we have
2
1/. 0 Nk 1 2 an2)? 204112 L2
§ (it =&)< 5 (el ~1al?) "+ (o)l - 12"l

Proof. Note that according to Lemma [T] we have

(el ~l120)* + 2 (2l —foa)))” < (1 1) (Gl @) + 4 el ] o))
<2 (Jal* ~2]2) +8 (Jel? 2] ~ 2 f?).
Hence,

er — 3

IN

2
2 A2 21 4112 ~ 12
(l=1” =121%)" + (1l 2] - |2*2I)

2
2 A2 201 4112 * A2
(l=1” =121%) " + (1=l 2] - 2"l

1 2\ 2
— <inf )
8\ o

IN
DO = | =

Lemma 3. Let ®(x) denote the CDF of a standard normal variable. Then, for any u > 0,

g(u) = ez d <—‘/§> <1.

u
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2
Proof. With a change of variable v = %, proving g(u) < 1 is equivalent to proving h(v) = e~ 2 — ®(—v) >0

for all v > 0. We have

In addition, h(0) = 3 > 0 and h(co) = 0. O
Lemma 4 (Chi squared concentration). For any T > 0, we have
P (Xz(m) >m(1+ 7)) < e B (rIn04n),

The proof of this lemma can be found in [[18]].

B. Heavy-tailed concentration

In this section, we discuss a few lemmas regarding the concentration of heavy-tailed random variables. A more

complete discussion of such concentration results can be found in [43]].

Lemma 5 (Bounded random variable MGF upper bound). Let X be a random variable and c, ¢’ positive constants
such that

P <|X—IE[XH > 7') < dexp(—cyT) Vr>0.

c

Then there exist constants co, c3, depending only on the distribution of X, such that for all L > c3 and \ = VI

C2

logE [exp (A (X1xes —]E[X}))] < 2

Proof. For simplicity of the notation let X, £ X1x<, denotes the truncated version of the X. By Taylor expansion

of exponential function at E [X], one can get

exp (AXL) = exp (AE [X]) + A (X1 — E [X]) exp (AE [X]) + /\72 (X, —E [X])zexp (\Y),

where Y’ is a random variable whose value is between E [X] and X . Therefore
E [exp ()\ (X, —E [X]))} =14\ (E[X,]-E[X]) + )\;]E [(XL —E [X])exp (/\ (Y -E [X}))] . (65)
Note that  [X;, — X] <0 and log(1+2) <2 ¥z > 0, hence by (63) we obtain
logE [exp (A (xz-E [X]))} < %QE [(XL ~E[X]) exp (A(Y - E [X]))} :

which means if for some c3 we show

sup E {(XL ~E[X]) exp (A(Y - E [X]))} <o, (66)

L2es A=507

the Lemma holds with ¢, c3.
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Note that since Y is bounded between E [X] and X we get
E | (X, —E[X])*exp ()\ (Y —E [X]))} <
E[X,-E[X]]+E [(XL ~E[X])"exp (A (X, ~E [X]))] . 67)

Since X, L2, X and it is dominated by X, by the dominated convergence Theorem we get E [X L —E[X ]] ’ 5
Var(X), hence for L > ¢§ we have

E[X, - E[X]]* < 2Var(X). (68)

Now, we bound the second term in (67).

E [(XL ~E [X])2exp (A (X, —E [X]))] =F [(XL —-E [X})Qexp (A (Xo -E [X])> 1XL<E[X1]

+E {(XL ~E[X]))%exp (A (X, ~E[X])) 1XL>E[X]} .

Note that
E [(XL -E [X])Qexp ()\ (XL —E [X])) 1XL<E[X]] <E[X.-E [XHQ < 2Var(X), (69)

for L > cf.
Moreover, if U £ X, — E [X]

oo

E (U2 exp (\U) 1U>0 IP’ 2exp (AU) > u, U>0) du

oo

P (X, —E[X] > 1) du, t?exp (M) =

%%%h

L-E[X

(X —E[X] > t) exp (M) (2t + )\t2) dt

L-E[X

IN

2
c exp( AN+ —— @ ) (2t+)\t )dt. (70)

Note that for large enough L and 0 < ¢t < L — E [X], we have —cv/t + g\cft < - C‘/{. More specifically,

vt —9E [X]
—Vt+ ——= \F 3 VLny 0<t<L-E[X],
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hence by (70) we obtain

L—E[X] c
E [ (X, ~E[x])"exp (A (X, — E[X])) 1XL>E[X]} < c’/o exp (—f) (2t + AE2)dt

< C’/ exp <—63t> (2t + \2)dt
0

> 18 81 18
= C/A exp(—z) <22 + c4z4> C—;dz

2
_ 1SCic’F(4) i 180’;; 81)\F(6)
_ 18;CIF(4) 92;;;%(6)
< 32Cic/r(4) + ;Q\S;gr(fs), VL >ec5.  (71)
Hence. if we set co = 4Var(X) + 32§ch(4) + 67523%1“(6) and c3 > cf, (68), (€9), (71) yield (66) which concludes
the proof. O

Lemma 6 (Heavy tail concentration). Let {Yy}, . be i.i.d. random variables. Assume there are constants ¢ >
0, ¢ > 1 such that P <| Y. —E [Yk]’ > 7') < eV, for all T > 0 . Then, there exist a positive constant C > 0,
1
3

such that, for every e > Csm™

1 & .
Pl=N"Y, —E[v < 4o BVME, 72
m;k [Yi]| > €] <4e™2 (72)

Proof. Following the notion in the proof of the Lemma |5} let Y=Y 1y, <. Then,

1 & 1 —
Pl=)Vv.-E[Y <P|=N"YI-E[Y P(3k, Y, > L
m};k Yi] > €| < m;k Ye] > ¢ | +P(3k, Vi > L)

m

Sexp(—)\g)E +mP (Y1 7E[Yﬂ >L*E[Y1])

exp (Q(Yf ~-E [Yﬂ))

2

A
< exp (—)\e + 02m2m> + mc exp (—cm) , (73)

2

for % = 2\‘3@. Note that the last inequality is obtained by the Lemma Set L = me and hence A = 52\/\/?, then

by (73) we have
m 2
P ;;Yk—E[Yk]>e < exp (—c\/%+ Q;i) + mc exp (—C (\/"T— |E[Y1]|>>~ (74)

. 2 2
Note that if € > (%) s m’%, we have %% < $v/me, hence,

coc? 1 c
exp [ —cv/me + 8 ¢ < exp —5\/m6 . (75)
€
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Furthermore,

me exp <c (\/nT - m» — exp (log ¢ +logm + c\ﬂm - c\/ﬁ) < exp (;m) . (76)

whenever

log ¢ +logm + ¢y/|E [vi]| < g\ﬁme. (77)

. 2 1
since me > C3m3 for e > C3m ™3 we have

¢ VQC?’ ms. (78)

g\/me >

Given m3 grows faster than log m, by choosing large enough C; we can make and hold for all integer

m, thus we obtain

P iZYk—E[Yk} >e| <2exp <—C\/me). (79)
m Pt 2

By repeating the exact same line of the proof for —Y}, instead of Y; we can obtain
1 m
P =Y Yi—E[Yi] < —¢| <2exp (—c«/me) . (80)
m i 2

Combining and yields

1 m
Pl I;Yk —EVi]| > e | <dexp (—;/me> . 81)

C. Properties of da(,")
Lemma 7. If \i(c) and \2(c) denote the two non-zero eigenvalues of xx* — cc*, then we have
1) Ai(e) +Xa(e) = la|* ~lel|*.
2 2 _ 2 2)? 20 112 .2
2) M(e) + Ma(e)® = (l2l” =llell”) +2([ll"llell” —lz"e[”).
3) M(e)a(e) = (e =z )ell*) <0

Proof. First note that
A (c) + Aa(e) = Tr(zx* — ec®) =||z|® —| |- (82)
Similarly,
A (€)? + Ma(e)? =Tr(xx* — cc*)?
= Tr(zx*zx™) + Tr(cc*ec”) — Tr(ec*xx™) — Tr(xx*ec™)
=l|* +e]* - 2la*e)®

2
= (12l ~lell®) "+ 2 (J2Iliell® ~[a*cl?) . (83)
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Finally,

20 (e)ha(€) = (Mile) + A2(€)* — (A1(€)? + Aale)?)
=2 (jz*cf” —la]c]*)
<0.

O

Lemma 8. Let Z = (A (c)U + X2(c)V)?, where U and V are independent x*(2). Then, for any o > 0, we have

fla) £ E %] < ()\m:(c)%z>

Proof.

z Yy
2 2

f(a) :/ e—Ot()\l(C)m-‘rAZ(C)y)QeT dzdy. (84)
z,y>0

Consider changing the variable (z,y) in the above integral to (u,v) defined as

(u, v) = (/\1(0):5 4 a(e)y, T y) .

2

The determinent of the Jacobian of this mapping is given by

ou,v| |Mle) Azxe)]  Ai(e) — Ma(c)
oz, y 1 1 N 2 '
Furthermore,
oo % _ 1 Ai(e)
2/\2(6) —2/\2(6)
Since _’;i\(zc()c) > 0, we have
U
> >
x>0 << v> ()
Similarly,
v > Y
- 2)\1(0)
Therefore,
2 2
fla)= ————— // e” " e dvdu
4()\1 C — )\2 C 2)\ (c) ’”>2A2(c)
= —aw® o=V gy + / / e e~V dudu
2(M\1(e) — Xa(e)) )\2 />o /ZA - 2(\ )‘2 u<0 Jo= gt
/ —0 =5 du ! / e T IN® dy
R — e 1(e - c
2(Mi(e) —>\2(C)) u=0 2(M1(e) = Aa2(€)) Ju=—oo
eI /°° —a(ut 1) gy 4 TR /0 —a(ut o) g
= Y T T~ T € 1o U — e 2(e)a U
2(M(e) = A2(c)) Ju=o 2(M(e) = A2(0) Ju=— oo

= VT elantc)za(l) (— V2 > + VT 615*2}‘:)2“(1) ( V2 )
2(M(e)| +[ra(e))va 4hi(e)| va 2(M(e)] +[Xa(e))va 4xa(e)] va

(85)
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where ®(x) = /. g3’ According to Lemma [3| we have

T eEr V2 _
RwOLE <_W> _9(4\A1(C)y\/a) <1. (86)

1
V2

Hence, by combining (83), (86), and the fact that

1 1
@) < Mm@ we can complete the proof. O

Theorem below is showing how the distance function d 4 concentrates when we have sufficient measurements.

Theorem 5 (Concentration of d(-,-)). Let C, denote the set of codewords at rate r, and x denotes the signal of

*

interest. For a given ¢ € C", let A2, (c) < )2, (c) be squared of the two non-zero eigenvalues of xx* — cc*.

min max

For any positive real numbers Ty, To,
P (dalAa] [Ac)) > (€)1, Ve € Cp) 2 1 = 27 FUHnminm), (87)

where K = In 2me and

P (dA(|Aa:| Ae]) < A2 (c) (4m(1 + 72))2) > 1 — e~ 2m(n-in(+m)) (88)
Proof. Recall from (2)) that
da(Az|,|Ac|) = Z (ak*(acac* — cc*)ak)Q. (89)
k=1

First, for fixed  and ¢, we derive the distribution and the moment-generating function (mgf) of d(Ax|,|Ac|).

Note that xx* — cc* is a Hermitian matrix of rank at most two, and therefore it can be written as

Ai(e)
Aa(c _
zx* —cct = QT 2(€) . Q, (90)
0
where Q7'Q) = I,,. Combining (89) and (90), we have
2
Ai(e)
m m AQ(C) _
Z (ap* (zx* — CC*)CM«)2 = a;" Q" _ Qay,
k=1 k=1 T
0
2
A(e)
m Xa(c
k=1
0

2
5

=" (M@ Bl + 2@ Bal?)
k=1
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where B, = Qay,. Since @ is an orthonormal matrix, B = QA has the same distribution as A, and therefore the
2
x? variables in the above sum are all independent. Let Z;, = (/\1(c)|Bk,1 |2 + /\g(c)’Bk,2|2> . Then we have

m

da(Az| |Ac)) =" Z;, 1)

i=1
where 71, ..., Z,, are iid. as (A1(c)U + Aa(c)V)?, where U and V are independent x?(2) random variables.

Define Amin(€), Amax(€) to denote A;(c), A\2(c) with smaller and larger absolute value respectively, i.e.,
Punin(@)] = min {u@) a0} Amax(@)] = max {ni(e)] [ a(e)]} -

To derive (87), note that according to Lemma [§] for any o > 0, we have

—a 5 Z;
P (da(Az|JAc)) <) =P [¢ "&7 > oot

< eatE |:e—aZ1:| m

S eatf(a)m

< at m 2
< (sfora)

where « > 0 is a free parameter. Let o = and t = A2 (c)71. Therefore,

272 (C)T

max
m

P (dA(\Aw\ JAc|) < A2 (e)T ) <e¥ <27T71> 2

m

< e%(K—HnTl—ln m)

9

where K = In 2mwe. Hence, we have
P (dalA] | Ac)) > (€)1 ) = 1 = o (it

and with an union bound on C). we get

P (da(Az| |Ac) > M2, (c)r1 Ve e Cy) > 1 — e UHnntnm)

2
To prove (88), note that for Z; defined in , one has Z; < (])\max(c)] X2(4)) , thus

2

m 2
D Zi <AL XA < A ZX L2, (X2(4m)) ,
where the notation = implies that they have the same distributions. Therefore, by Lemma 4 we have
m
2 2
P (da(Az| JAc)) > A2p(e) (4m(1 +72))") = P D222 N (4m(1 4 )

<P (X2(4m) > 4m(1 + T2)>

< e—2m(7'2—1n(1+‘r2)) .
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Hence, for any 75 > 0, we have

P (dA(IA:c| JAc]) < A2

max

(c) (4m(1+ 72))2) 1o o—2m(r2—In(14+72))

O
Remark 7 (Expectation of d(.,.)). Note that (9T) implies
E [d (Az| ,\Ac|)} — 8m (Al(c)Q + da(e)? + Al(c))\g(c)) 92)
Proof. By (OT) we obtain
E [d(Az| |Ac])] = mE (2]
=m (Al(c)QE {U?} 4 Aa(c)?E {vﬂ 201 () e (c)E [UV])
—m (8)\1(0)2 8\a(e)? + 2 x 4)\1(0))\2(0))
= 8m ()\1(0)2 () + )\1(0))\2(0))
O

D. Concentration of the gradient

Lemma 9. Ler v € C" with ||v|| =1 and z € C, be fixed. Then there exist constants Cq,C4,C3 > 0 such that,

> me inf
OeER

P |§R <v* (VdA(z) —-E [VdA(z)D) 0l _ zH < Cye~C1Vme, Ve>Cam 3. (93)

Proof. In this proof, we will use the notations we introduced in (90) in the proof of Theorem [5] Since we have

assumed that for any codeword ¢, |||z = ||c||2 = 1, according to Lemma [7| A1(c) + A2(c) = 0. Hence,

Vda(z) = 22 (|a,’;z|2 —|a}§w\2> a,az,
k=1

—Ai(2)
= 23" ayats (Gar)’ ME g,
k=1 .
0
o\ ()Y agaizl, ©94)
where \;(z), Q are as defined in (90), andk=1
02 ([(@an),| ~|(@an), ). ©5)

It is straightforward to check that

E [Vda(z)] = 8m(zz* — zx*)z. (96)
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We also have

A (2) = = X2(2) = Amax(2).
By (94) we have,

R (v* (VdA(z) _E [VdA(z)])) = 2\ max(2)

NE

R ((v*ak)(aZz)Uk —-E [(v*ak)(aZz)Uk])
k

Il
_

M=

= Dmax(2) SR ((v*ay)(a}2)Uy) — E [9% ((v*ak)(a;;z)Uk)}

E
Il
-

NE

= Dnax(2) Y Vi —E 3], 97

™~
Il
-

where Y, = R ((v*ak)(a};z)Uk). We claim Y, satisfies all assumptions of Lemma @ To prove this note that since
vl =|z|| = 1, all v*ag, a}z, (Qax)1, (Qay)s have the same distribution as A'(0, 1) +iN(0, 1). Therefore, Y}

can be written as
16
Vi =Y Wi uWoxWaysWajk, Wik ~N(0,1) 1<1<4,1<j<16, 1<k<m. (98

j=1
We should emphasize that Wy ; ., W2 j x, W3 j 1, W4 ;,x may be dependent on each other but are independent of

Wi ks Wa ik, Wa ik, Wa j i, if k # k' Hence, we have

. T
P (|Yk| > T) <P (3] S {].7 ey 16}, ’Wlﬁj’kWQ’j’kW&j’kW&j’k’ > 16)

<P (3]'6 {1,...,16},l € {1,...,4}; ]ka\ > WITG)

§16><4><e_%2vlifj

< 640 VT, (99)

M)

-

To have (@9), one may choose ¢ = ﬁ, where c is a constant for which P (’N(O, 1)’ > T) <e =,

Hence, by Lemma |§L there exist constants C'3 such that
P || Vi~ E[Yi] >m§ <de~TVME Ye> Cym3. (100)
k=1

Thus,

> MmeAmax(2) | < Coe™1Vme e > Cgm*%.

P ’3‘% (v* (VdA(Z) —-E [VdA(z)])>

Furthermore, note that by (83) and Lemma 2] we have

2

Amax(2)2 € M(2)? + Aa(2)? = 2(1 ~[a"2]) = jnf e — 2.

inf
feR
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VII. CONCLUSIONS

In this paper, we have studied the problem of employing compression codes to solve the phase retrieval problem.
Given a class of structured signals and a corresponding compression code, we have proposed COPER, which
provably recovers structured signals in that class from their phaseless measurements using the compression code.
Our results have shown that, in noiseless phase retrieval, asymptotically, the required sampling rate for almost
zero-distortion recovery, modulo the phase, is the same as noiseless compressed sensing.

COPER is based on a combinatorial optimization problem. Hence, we have also introduced an iterative algorithm
named gradient descent COPER (GD-COPER). We have shown that GD-COPER can return an accurate estimate of
the signal in polynomial time (under mild assumptions on the compression code and the initialization of the
algorithm). However, GD-COPER requires more measurements than COPER. The simulation results not only
confirms the excellent performance of GD-COPER, but also shows the GD-COPER can perform pretty well even
with a far initial point from the target. This confirms that the very mild condition we had in Corollary 2] for the

theoretical guarantee, also works in practice.
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