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Chapter 1

Introduction

1.1 Purpose of this textbook

This textbook provides all relevant material for Master-level courses in the domain of antenna
systems. For example, at Eindhoven University of Technology, we use this book in two courses
(total of 10 ECTS) of the master program in Electrical Engineering, distributed over a semester.
The book includes comprehensive material on antennas and provides a solid introduction into
microwave engineering, ranging from passive components to active circuits. We believe that this
is the perfect mixture of know-how for a junior antenna expert. The theoretical material in this
textbook can be supplemented by labs in which the students learn how to use state-of-the-art
antenna and microwave design tools and test equipment, such as a vector network analyser or a
near-field scanner.

Several chapters in this book can be used quite independent from each other. For example,
chapter[6|can be used in a dedicated phased-array antenna course without the need to use Maxwell-
based antenna theory from chapter Similarly, chapter [3| does not require deep back-ground
knowledge in electromagnetics or antennas. The antenna theory presented in chapter [4)is inspired
by the original lecture notes of dr. Martin Jeuken [IJ.

1.2 Antenna functionality

According to the Webster dictionary, an antenna is:

i. one of a pair of slender, movable, segmented sensory organs on the head of insects, myriapods,

and crustaceans,
ii. a usually metallic device (such as a rod or wire) for radiating or receiving radio waves.

The second definition of an antenna is used within the domain of Electrical Engineering. An
antenna transforms an electromagnetic wave in free space in to a guided wave that propagates
along a transmission line and vice-versa. In addition, antennas often provide spatial selectivity,
which means that the antenna radiates more energy in a certain direction (transmit case) or
is more sensitive in a certain direction (receive case). Traditional antenna concepts, like wire
antennas, are passive electromagnetic devices which implies that the reciprocity concept holds.
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As a result, the transmit and receive properties are identical. In integrated antenna concepts,
where the transmit and receive electronics are part of the antenna functionality, reciprocity cannot
always be applied.

1.3 History of antennas

One of the principal characteristics of human beings is that they almost continually send and
receive signals to and from one another, [3]. The exchange of meaningful signals is the heart of
what is called communication. In its simplest form, communication involves two people, namely
the signal transmitter and the signal receiver. These signals can take many forms. Words are
the most common form. They can be either written or spoken. Before the invention of technical
resources such as radio communication or telephone, long-distance communication was very dif-
ficult and usually took a lot of time. Proper long-distance communication was at that time only
possible by exchange of written words. Couriers were used to transport the message from the
sender to the receiver. Since the invention of radio and telephone, far-distance communication or
telecommunication is possible, not only of written words, but also of spoken words and almost
without any time delay between the transmission and the reception of the signal. Antennas have
played an important part in the development of our present telecommunication services. Antennas
have made it possible to communicate at far distances, without the need of a physical connection
between the sender and receiver. Apart from the sender and receiver, there is a third important
element in a communication system, namely the propagation channel. The transmitted signals
may deteriorate when they propagate through this channel.

In 1886, Heinrich Hertz, who was a professor of physics at the Technical Institute in Karl-
sruhe, was the first person who made a complete radio system [4]. When he produced sparks at
a gap of the transmitting antenna, sparking also occurred at the gap of the receiving antenna.
Hertz in fact visualised the theoretical postulations of James Clerk Maxwell. Hertz’s first exper-
iments used wavelengths of about 8 meters, as illustrated in Fig. After Hertz the Italian
Guglielmo Marconi became the motor behind the development of practical radio systems [5]. He
was not a famous scientist like Hertz, but he was obsessed with the idea of sending messages
with a wireless communication system. He was the first who performed wireless communications
across the Atlantic. The antennas that Marconi used were very large wire antennas mounted onto
two 60-meter wooden poles. These antennas had a very poor efficiency, so a lot of input power
had to be used. Sometimes the antenna wires even glowed at night. In later years antennas were
also used for other purposes such as radar systems and radio astronomy. In 1953, Deschamps
[6] reported for the first time about planar microstrip antennas, also known as patch antennas.
It was only in the early eighties that microstrip antennas became an interesting topic among
scientists and antenna manufacturers. Microstrip antennas are an example of so-called printed
antennas which are metal structures printed on a substrate (e.g. printed-circuit-board (PCB)).
Figure shows some well-known antenna configurations which are nowadays used in a variety
of applications. Reflector antennas, horn antennas, wire antennas and printed antennas all have
become mass products. Reflector antennas are often used for the reception of satellite television,
whereas wire antennas are commonly used to receive radio signals with a car or portable radio
receiver. Printed antennas are also widely used nowadays, for example in smart phones. Printed
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sender receiver

Once it was shown that the quantity
that oscillates in a light wave is

the electric field or the magnetic
field, Heinrich Hertz artificially
produced waves of different wave-
length from those of visible light.
Above are his oscillator, or sender,
and his resonator, or receiver.

Figure 1.1: First radio system of Heinrich Hertz operating at a wavelength of about 8 meter [J)].

Reflector antenna (Westerbork Synthesis Radio Telescope) Wire antenna

Horn antenna Microstrip antenna

Metallic patch

ground plane

Figure 1.2: Some well-known antenna concepts.
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antennas can be realized as two-dimensional structures on PCBs or as three-dimensional struc-
tures on plastic substrates. More recently, printed antennas have even been realized on chips in
integrated circuits (ICs)[7].

Reflector antennas provide high directivity (spatial selectivity), but have the disadvantage
that the main lobe of the antenna has to be steered in the desired direction by means of a
highly accurate mechanical steering mechanism. This means that simultaneous communication
with several points in space is not possible. Wire and printed antennas are usually more omni-
directional, resulting in a low directivity. There are certain applications where these conventional
antennas cannot be used. These applications often require a phased-array antenna. A phased-
array antenna has the capability to communicate with several targets which may be anywhere in
space, simultaneously and continuously, because the main beam of the antenna can be directed
electronically into a certain direction. Another advantage of phased-array antennas is the fact that
they are relatively flat. Figure shows two examples of phased arrays used in radio astronomy
and in base stations for future mm-wave 5G and beyond-5G wireless communications, respectively.
In a phased-array system, three essential layers can be distinguished 1) an antenna layer, 2) a layer

(b)

Figure 1.3: Ezamples of phased-array antennas. (a) The one-square-meter-array (OSMA) was

a test-bed of the square-kilometer-array (SKA) and consists of an active center of 64 bow-tie
antennas with electric beamforming. The active center is surrounded by two rows of passive
bow-tie antennas [8], [9], [10]. (b) Dual-polarized active phased array prototype for mm-wave
(26.5-29.5 GHz) 5G/beyond-5G wireless communications [11)], [12], [15].

with transmitter and receiver modules (T /R modules) and 3) a signal-processing and control layer
that controls the direction of the main beam of the array. The antenna layer consists of several
individual antenna elements which are placed on a rectangular or on a triangular grid. Arrays
of antennas can also be used to realize multiple-input-multiple-output (MIMO) communication
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systems. In such a system several non-correlated spatial communication channels can be realized
between two devices (e.g. a base station and mobile user), resulting in a much higher channel

capacity [14].

1.4 Electromagnetic spectrum

Antenna systems radiate electromagnetic energy at a particular frequency. The specific frequency
range which can be used for a specific application is restricted and regulated worldwide by the
International Telecommunication Union (ITU). The ITU organizes World Radiocommunication
Conferences (WRCs) to determine the international Radio Regulations, which is the international
treaty which defines the use of the world-wide radio-frequency spectrum. An example of such an
allocation chart of the radio-frequency spectrum is shown in Fig. This particular map is
valid in the United States, but is very representative for the world-wide spectrum allocation.

UNITED

STATES
FREQUENCY
ALLOCATIONS

i |
H

T i
E ﬂﬂaaﬁ gl EH
Eﬂaann E%ﬁ fnfnunng nﬂ"ﬁ - Eﬂﬁ“ﬂﬁgﬂ

Figure 1.4: Ezample of spectrum allocation, frequency range 0-300 GHz, United States, 2016.
Applications include wireless communication, satellite communications, military and commercial
radar, radio astronomy and license-free Industrial-Scientific-Medical (ISM) bands. More infor-
mation can be found at: www.ntia.doc.gov and www.itu.int
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Chapter 2

System-level antenna parameters

2.1 Coordinate system and time-harmonic fields

Radiation properties of antennas are generally expressed in terms of spherical coordinates. The
spherical coordinate system is shown in Figure In this spherical coordinate system we will
use unit vectors along the 7, 6 and ¢ directions which are denoted by ., iy and g, respec-
tively. A particular point P(z,y,2) is indicated by the position vector ¥ = xi, + yi, + zi, =

Vvt +y? + 2%, = |Fld,.

P(xyz)

ds

X

Figure 2.1: Spherical coordinate system with dS = r?sindfd¢ = r2dQ), where d) = sin dfd¢
and ) is the solid angle.

In this book we will assume that all currents, voltages and electric and magnetic field
components have a sinusoidal time variation. The instantaneous time-domain electric field £ is

now related to a complex electric field E according to:
E(7,t) = Re[E(F)e™), (2.1)

11
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where w = 27f is the angular frequency, f is the frequency of operation and Re[] denotes the
real part of the complex variable. The electric field E(7) in the space-frequency domain (phasor
formulation) can now be expressed in terms of spherical coordinates:

E(7) = E.(7)ii, + Eg(F)iig + Eg ()i, (2.2)

= |EB,(Me*r D, + | Bo(7)|e’?* g + | By(7) e+ Dy,

where ¢, g, ¢y are the phases of the spherical components of the complex electric field. By
combining and we can write the time-domain electric field €| (7, t) in terms of the space-
frequency domain components:

5(77, t) = |E;| cos (wt + @)Uy + [ Eg| cos (wt + @g)tlp + | Ey| cos (wt + pg) g, (2.3)

where we omitted the (7) dependence of the amplitudes and phases of the field components to
simplify the notation.

2.2 Field regions

An antenna transforms a guided electromagnetic (EM) wave that propagates along a transmission
line into radiated waves that propagate in free space. These radiated waves can, in turn, be
received by another antenna. Due to reciprocity, the receiving antenna will transform the incident
EM waves into a guided EM wave along a transmission line. One could also interpret this as the
transition of electrons in conductors to photons in free space. The transition from a guided wave
along a transmission line to radiated waves from the antenna is illustrated in Fig.

E-field direction at t=t,
.

1

~ 4 A

|

Generator Transmission line
with a guided TEM wave

Antenna

Free-space spherical wave

Figure 2.2: Transition of a guided wave along a transmission line into radiated spherical waves

in free space using an antenna.
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Near Field Far Field Region

+ O— L

Antenna

Figure 2.3: Definition of three field regions around an antenna.

The electromagnetic field radiated by an antenna can be divided into three main regions: 1)
the near-field region, 2) transition or Fresnel region and 3) the far-field region. Fig. shows an
example of an horn antenna and the corresponding field regions. In the far-field region, the electric
and magnetic field components are orthogonal to each other and to the direction of propagation,
resulting in transverse electromagnetic waves, also known as plane waves. For an antenna located
in the origin of the coordinate system of Fig. the electromagnetic energy will flow in the
i, direction. There is not a very clear transition between the three field regions. However, it is
common to use the so-called Fraunhofer distance to define the start of the far-field region:

212

c
where R is the radial distance from the antenna, L is the largest dimension of the antenna, \g = ?

is the free-space wavelength of the radiated electromagnetic wave and ¢ = 3-10% [m/s] is the speed
of light. In chapter 4 we will show how criterium (2.4]) can be derived directly from the theoretical

antenna framework that we will introduce.

2.3 Far field properties

Consider a transmit antenna located in the origin of the coordinate system of Fig. and a
2

receive antenna in the far-field region at a distance R > N In this case, the incident field at

0
the receiving antenna will be locally flat, similar to an incident plane wave with an equi-phase
plane perpendicular to the direction of propagation. These plane waves in free space are transverse
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electromagnetic waves (TEM) with the following general form in the frequency domain:

Ey(z) = Ae M2, (2.5)

where ko = % is the free-space wavenumber and A the amplitude. Note that in , we have
assumed that the plane wave propagates in the +z-direction. For the sake of simplicity we only
considered a component in the i, direction. The corresponding magnetic field H is perpendicular
both to the E field and the direction of propagation.

The transmit antenna will radiate spherical waves. In chapter 4 and 6 we will investigate
the radiated fields in more detail. It will be shown that the far field in spherical coordinates
E(7) = Ey(P)iig + E4(7)tgy + Er(7)d, due to an antenna placed at the origin of our coordinate
system at 7= (0,0,0) can be expressed in the following form:

B = Enl0,0)
—gkor
Eli) = Eol0,0) (26)

E (r) = 0.

Since EM waves in the far-field locally behave as TEM waves, we can write the corresponding
magnetic field H in terms of the electric field:

H(7F) = —ii, x E(7), (2.7)

where Zy = \/‘e‘jg = 377Q) is the intrinsic free-space impedance. The radiated power density
expressed in Watts per square meter [IW/m?], is known as the Poynting vector and describes the
directional energy flux (the energy transfer per unit area per unit time) of an electromagnetic
field. The Pointing vector in the far-field region only has a component in the radial direction
i,. The time-average Poynting vector AS;;,(F) over a period T' = %ﬁ at a specific position 7 in the

far-field is now given by:

1

Sy(P) = (7 t)di

Nl ~
L
L

N~

=
o
=,

(P e’ x Re[H (F)e™)dt

Nl =

(H(7)et + H*(7)e ") dt

=

(F)e™t + E*(Fe ™) x

O\QO\QO\HO\H

M|~
N | =
N~

(7) x H*(7) + E*(7) x H(P)

N — =
sal

Re[E(7) x H*(7)].
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In the far-field region we can use relation (2.7). As a result, expression (2.8) can be written in
the following form:

Sp(F) = 3Re[E(F) x H*(7)] = § 25 RelE(7) x (@, x E*(7))]
= 125 Re[(E(F) - B*(7)d, — (E(7) - i) E*(7)] (2.9)
= 32\ E() P,

since E () - @, = 0. We can conclude that the electromagnetic energy propagates in the radial
direction .

2.4 Radiation pattern

The radiation pattern is a graphical illustration of the radiated power in a certain direction in the
far field region of the antenna. From we can observe that the electric field vector E has a r—?
dependence in the far-field region. The radiated power per element of solid angle d) = sinfdfd¢
can be determined from (see also Fig. [2.1):

P(7) = P(0,¢) = [r*S,(7)], (2.10)

where Poynting’s vector is given by . Expression is only valid in the far-field region
where the radiated power per element of solid angle is independent of r. Let us assume that the
maximum value of P(6,¢) occurs at the angle (6, ¢) = (0,0). The normalized radiation pattern
F(6, ¢) is found from:

P(0, ¢)
P(0,0)

F(8,¢) = (2.11)
Radiation patterns are always expressed in decibels [dB], that is using 10log;q(F' (0, ¢)). Some
examples are shown in Fig. and Fig. The main beam, also known as main lobe, of the
antenna is directed towards the direction of maximum radiation, in this case towards 6 = 0. The
other local maxima in the radiation pattern are called sidelobes. The maximum sidelobe level is
often one of the design parameters of an antenna, since the maximum sidelobe level determines
the sensitivity of the antenna for (unwanted) interference from other directions. The height of
the sidelobes is determined by a number of factors, including the size, shape and type of antenna.
Some antennas, like small dipoles, do not have sidelobes: they only have a main lobe. In chapter
[6] we will show in more detail how you can design array antennas with low sidelobes. From the
normalized radiation pattern we cannot determine all quality measures of an antenna. Therefore,
we will introduce some additional scalar antenna parameters, including beam width, directivity,
antenna gain, effective aperture, aperture efficiency and input impedance. These parameters will
be explained in more detail in the next sections.
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Uniform rectangular aperture ¢=0 plane, a=8)\o and b=8)\0
O T T T T

A0+ -

15 1

20 F ]

230 F 4

-35 §

Normalised radiation pattern [dB]
NS
(&)}

40 F J

_50 1 Il 1 1 1 1 1 1 1
-80 -60 -40 -20 0 20 40 60 80

0 [deg]

Figure 2.4: Two-dimensional normalized radiation pattern. A cut in the ¢ = 0-plane is shown.
The antenna has a uniformly-illuminated square-shaped aperture of size A = (8X\g)%. The first
sidelobe has a mazimum level of -13.2 dB

2.5 Beam width

The beam width defines the beam area for which the radiated or received power is larger than
half of the maximum power, the so-called Half-Power Beam Width (HPBW). The beam width in
the principle planes (6 = 0 and ¢ = 0 plane) is expressed by 0 p or as ¢gp.

2.6 Directivity and antenna gain

The directivity describes the beamforming capabilities of an antenna. It describes the concentra-
tion of radiated power in the main lobe w.r.t. all other directions. Let us consider an antenna
that generates a total radiated power P, [W]. When this antenna would be an isotropic radiator,
the radiated power would be equally radiated over all directions with an uniform radiated power

density of il [W per unit of solid angle]. Note that an isotropic radiator cannot exist in practise,
it is only a theoretical reference that is used to define the directivity of a real antenna. The
directivity function D(6,¢) of a real physical antenna is defined as the power density per unit of
solid angle in the direction (6, ¢) relative to an isotropic radiator:

P, 9)

D(®,9) = P,/Ar

(2.12)
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Uniform rectangular aperture, a=8A0 and b=8A0

i
lf‘o‘\"”!’ M‘!

I

il
i

il ’)"

Normalised radiation pattern [dB]

v=sind sing -1 u=sinf cos¢

Figure 2.5: Three-dimensional normalized radiation pattern of the antenna described in Fig[2.7)

The maximum of the directivity-function is the directivity D = max[D(6, ¢)]. Antennas always
have some losses, for example due to resistive losses in metal structures, dielectric losses in dielec-
tric substrates or impedance-matching losses between antenna and the connected source. Due to
these losses not all the power that is provided by the source will be radiated. When we substitute
the total radiated power P; in by the total input power P, to the antenna, we get the
well-known antenna gain function G(0, ¢), which is given by:
c0,.6)= 00
in AT
Similar to the directivity function, the antenna gain function will have a maximum, which is called
the antenna gain G, with G = max|[G(6, ¢)]. The antenna efficiency 7 is a quantity that descibes
how much of the input power towards the antenna is transformed into radiated power:

(2.13)

P,
=—. 2.14
=5 (2.14)
and provides a relation between the directivity and antenna gain:
G =nD. (2.15)

2.7 Circuit representation of antennas

Typically, antennas are connected to a generator (transmit mode) or detector (receive mode)
by means of a transmission line. More details on transmission line theory can be found in the
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next chapter. Sometimes, antennas are directly connected to an amplifier, in which case power
matching to a transmission line is not perse required. The input impedance of the antenna is an
important measure that determines how much of the power transported along the transmission
line is actually radiated by the antenna. The input impedance of an antenna will be complex in
general:

Za = Ra+]Xa ( )
2.16

= RT +RL +]Xa7

where R, is the antenna resistance, R, represents the radiated losses and Rj the real losses like
Ohmic or dielectric losses. Furthermore, X, is the antenna reactance which is related to the
stored reactive energy in the close vicinity of the antenna. Note that the radiation resistance
R, is directly related to the total radiated power by the antenna and is in fact a measure that
defines how well the antenna works. Fig. shows the equivalent circuit of an antenna which
is connected to a generator with an internal impedance Z, = R,. We can define the radiation

Antenna

:
" () ” 2R,

Figure 2.6: Fquivalent circuit model of an antenna. The antenna with impedance Z, is connected
to a generator with internal impedance R,,.

resistance R, by considering the antenna in transmit mode. Let I? be the current flowing through
the antenna and P; the total radiated power. The radiation resistance R, is now defined as a
resistance in which the power P, is dissipated when the current I? is flowing through the antenna.

In other words:

P,
R, = —t . 2.17
31IP[? 217

The total radiated power P; can be found by integrating the radiated power density over a sphere.
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Using relation (2.9) and ({2.6]), we obtain the following expression for P;:

P = / / () - @29
2r (218)

1
= 37" [ [1Bw0.0)2 + 1850, 0)?] sinodsas,
00

At microwave frequencies it is, in general, not possible to measure voltages and currents
directly. Therefore, we cannot directly measure the input impedance Z,. We will show in chapter
3 that it is possible to measure the (complex) amplitude of incident and reflected waves along
transmission lines. In this way we can experimentally determine the input reflection coefficient
of the antenna using a vector network analyser (VNA). Now let us assume that the antenna is
connected to a transmission line with a characteristic impedance equal to Z§. Usually Z§ = 509.
Furthermore, we will assume that an incident TEM wave propagates along the transmission line
with complex amplitude a and a corresponding reflected wave (in the opposite direction) with
complexe amplitude b. The reflection coefficient is now defined as the ratio between both complex

amplitudes:
b
r=-. 2.19
- (2.19)

From transmission line theory (see chapter 3 for more details), it is well known that the relation
between the reflection coefficient and the input impedance at the input of the antenna is given
by:

_Za—Z(t)

'=—.
Zo+ Z§

(2.20)

When the antenna is properly matched to a transmission line with Z, = Z{, we will obtain a
reflection coefficient I' = 0.

2.8 Effective antenna aperture

Up to now, we have investigated the antenna parameters mainly by considering the antenna
in transmit mode. The receive properties of the antenna are, of course, also very important.
One of the key parameters that describes the antenna properties in receive mode is the effective
antenna aperture A.. A. defines the equivalent surface in which the antenna absorbs the incident
electromagnetic field that is dissipated by the load impedance Z; which is connected to the
terminals of the antenna. Now let S, represent the power density (W/m?) of an incident plane
wave. The effective antenna aperture is now defined as the ratio between the power P, delivered
to the load impedance and the power density S):

P,
A=~ 2.21
75, (2.21)
Where we have assumed that the antenna is optimally matched to the load impedance, according
to Z, = Z7. In chapter 4, we will introduce the reciprocity theorem. The reciprocity theorem

defines the relation between the receive and transmit properties of an antenna. We will show that
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there is an unique relation between the antenna gain G and the effective antenna aperture A,
according to:

_ 4mA.

= 2.22
¢ A2 (2.22)

2.9 Polarization properties of antennas

The radiated electric field vector from an antenna will, in general, have two components, Fy and
Ey4, both perpendicular to the direction of propagation , in the far-field region. Both components
(when described as phasors in the frequency domain) will usually have a relative phase difference
with respect to each other. With a phase difference equal to 0, the resulting field will be linearly
polarized. As a result, the direction of the electric field vector in the time domain will be constant.
When a phase difference between the Ey and Ey components exists, the direction of the realized
total time-domain electric field £(7,t) will vary over time with a period of T = 2 /w. The time-
domain electric field vector will now describe an ellipse, corresponding to elliptical polarization.

Now let us take a closer look at the time-domain electric field components:

Eo(Tt) = Eq(7)cos (wt — kor),
(2.23)

Ep(Tt) = Eo(r)cos (wt — kor + ),
where ¢ is the phase difference between both electric-field components. Let us consider the case

that r = 0. We can find the elliptical trajectory of the electric field vector £ = (&, &p) by
eliminating the time-dependence. We can rewrite (2.23)) as:

E» = Ey(coswtcosy —sinwtsing)
(2.24)
&o : :
= FEy(— cosy — sinwtsin p),
Ey
resulting in:
& & 2 & 2
(Ed; — Fel cos gp) = sin? wtsin? p = (1 — cos? wt) sin? ¢ = (1 — [Ei] ) sin? . (2.25)
or:
Ep\? &y 2 289Ey . 9
=0 Ze) — = . 2.26
(El) - <E2> BB, YTV (2.26)

This equation describes an ellipse in the plane perpendicular to the direction of propagation .
The ratio between the major and minor axis of the ellipse is defined as the azial ratio (AR), with
AR > 1. We can distinguish two special cases

i. Circular polarization (Ey = Eo = E and ¢ = £7/2).
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ii.

Equation (2.26]) now represents a circle. The field will be circularly-polarized. When ¢ = /2,
we obtain Left-Hand Clircular Polarization (LHCP):

& = E (iig coswt — Ugsinwt) (2.27)

In case ¢ = —7/2, we obtain Right-Hand Circular Polarization (RHCP):

—

Er = E (g cos wt + iy sinwt) . (2.28)

The axial ratio describes the quality of the circularly-polarized wave and is given by:

|EL| + |ER|

— . 2.29
B2l = |Bx] (2.29)

AR:‘

where £, = Re[ELeJ“t]. Perfect circular polarization is realized when AR = 1.

Linear polarization (Ey # Eo and ¢ = £7). Equation (2.26]) transforms into the equation of
a straight line, with corresponding axial ratio AR = oo.

2.10 Link budget analysis: basic radio- and radar equation

The antenna is one of the components of a complete system. Examples of such systems include

wireless communication systems (e.g. 4G/5G) and radar. The antenna parameters that we

have introduced in the previous sections can be used to quantify the quality of a radio link or to

determine the range of a radar. Fig. shows a schematic illustration of a wireless link, consisting

of a transmit and receive antenna. The transmit antenna is connected to a transmitter that can

generate P, Watts of power. We will assume that both antennas have the same polarization and

orientation with respect to each other. The power density in (W/m?) at the receive antenna is

Transmit antenna Receive antenna

Transmitter Receiver
P, Pr

G, G, A

rs er

Figure 2.7: Radio link between a transmit antenna and a receive antenna over a distance 7.

now given by:

e

— W’ (2.30)

T
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where G; is the antenna gain of the transmit antenna as compared to an isotropic antenna. The
power received by the receive antenna with an effective aperture A., now becomes:

PthAer
P=—. 2.31
" 47y (2:31)
. - : : g : : Gy
This equation is also known as the radio equation or Friis equation. By using A, = yp
T
(2.31)), we finally obtain:
P,GG )3
P=——— 2.32
T (42 (2.32)
)\2
where G, is the antenna gain of the receiving antenna. The term <(4)022> is also known as the
)%r

free-space path loss and depends on frequency, since \g = ¢/f. However, this term is not really
a loss, since we had assumed in our ideal radio link of Fig. 2.7 that the entire system, including
free-space, is lossless. The frequency dependence comes from the relation between the antenna
gain GG, and the effective area A.,. It tells us that for a constant antenna gain, the effective area
scales with 1/f2. This implies that at higher frequencies antennas with a much larger antenna
gain need to be used in order to maintain the same range as compared to lower frequencies.
Note that a large antenna gain also implies a more directive antenna with a narrow beam. This
complicates the implementation of omni-directional wireless communication at millimeter-wave
frequencies. Phased-arrays with electronic beam scanning offer a solution for this problem, see
chapter [6]

As an example of a link-budget analysis, consider the Bluetooth system operating in the
2.4 — 248 GHz band. Assume omni-directional antennas (G; = G, = 1), an output power of
P, =1 mW (0 dBm) and a receiver sensitivity Py i, = 10719 W (= —70 dBm). The maximum
range T'mae Of this system then becomes:
P.GG )3 N
Tmaz = m ~ 30 [m]. (2.33)
Let us now consider a radar system. In this case, we replace the receive antenna by an
object with a radar cross section o[m?]. The radar cross section of an object depends on the size
and shape (e.g. car or airplane) and determines how much of the incident power is reflected back
to the radar. We will assume that the transmit antenna can also be used as receive antenna,
therefore Gy = G, = G. The latter is due to the reciprocity theorem which applies to passive
microwave structures including antennas. The received power of the radar is now given by:

P = Pth o o PtGZO')\%

T U2 A2 e = W. (2.34)

This equation is known as the radar equation. It is a first-order estimation of the received power
and shows that the probability of detection of an object decreases according to 4. In a real system,
the radar equation will be somewhat more complicated. In addition, the maximum detection range
can be increased by using advanced signal processing techniques. More background information
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can be found in Skolnik [I7]. Now assume that the receiver of the radar requires a minimum
power of P, i, to detect an object. The maximum radar range 7,4, now becomes:

(2.35)

[ peroxz 1V
fmaz = (47T>3Pr,min '

As an example, consider an X-band radar operating at f = 10 GHz with A, = 1m?, P, = 10
kW, o = 1m? and P, = 10713 W (101ogyg Prmin = —100 dBm). This implies that G = 14000
(Ggp = 41 dB). The maximum range now becomes 7,4, = 54 km.
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Chapter 3

Transmission line theory and
microwave circuits

3.1 Introduction

In this chapter we will extend the well-known circuit theory to transmission line theory. Circuit
theory can be applied to electrical circuits in which the size of the individual (lumped) components,
like resistors, capacitors and inductors, are much smaller than the electrical wavelength (size
< 0.1)). In case the physical dimension of a component or network becomes a significant fraction
of the wavelength (size > 0.1\), we need to apply transmission line theory. We consider the
transmission line to be a distributed network in which the voltages and currents vary along the
location along the line. In this chapter, we will derive transmission line concepts by using circuit
theory. Therefore, we do not need to solve Maxwell’s equations explicitly to analyze networks

based on transmission lines.

3.2 Telegrapher equation

Fig. illustrates some examples of transmission lines. Well-known transmission lines used in
many microwave applications are coaxial cables, microstrip lines and waveguides. In addition,
long-range three-phase electrical power lines operating at 50 Hz should also be considered as trans-
mission lines. From basic electromagnetics courses, it is known that a transverse electromagnetic
wave (TEM) with zero cut-off frequency can propagate along transmission lines consisting of at
least two metal conductors, e.g. a coaxial cable. These type of transmission lines also allow other
modes, e.g. transverse electric (TE) or transverse magnetic (TM), to propagate above their cut-off
frequencies. However, in this chapter we will assume that only a single TEM mode can propagate
along the transmission line. A plane wave is also an example of a TEM wave, see section [2] Note
that along a waveguide (see Fig. a TEM mode cannot exist, only TE and TM modes can
propagate. However, the theory introduced in this chapter can also be applied to waveguides, as
long as only a single mode can propagate.

Now let us consider a general transmission line that carries a TEM wave that propagates
along the +z-direction, as illustrated in Fig. The transmission line is connected to a source.

25
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Coaxial cable Parallel wires (twin lead)

_.- Microstrip lines

GND
— - Strip lines

GND

Microstrip lines

Multi-layer Printed Circuit Board (PCB) High-voltage lines

Figure 3.1: Fxamples of transmission lines used in various applications.

As a result of this, a voltage v(z,t) and current i(z,t) will exist at the location z.

—
+
source <> V1) TN N
TEM wave
| | >
| !
0 z

Figure 3.2: Two-wire representation of a transmission line. A TEM wave propagates in the

+z-direction.

We would like to apply Kirchhoff’s voltage and current laws instead of Maxwells’ equations
to analyze the characteristics of the transmission line. This can be done by considering a small
section between z and z+ Az of the transmission line, as illustrated in Fig. Since this section
is electrically very small (Az < \), we can model this small section using lumped-element circuit
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components as illustrated in Fig. where the lumped elements are defined per unit length:

L = series inductance per unit length [H/m],
C = shunt capacitance per unit length [F'/m],
(3.1)
R = series resistance per unit length [Q/m],
G = shunt conductance per unit length [S/m].

source

i(z,t) i(z+Az,t)
Y YT YT N

+ RAz LAz 1 +

V(z,t) GAz —T~C4z V(z+Az,t)

< AZ >

Figure 3.3: Lumped element circuit representation of a small section Az of a transmission line.

The series inductance LAz originates from the magnetic field that is induced by the current
i(z,t) flowing on the line and the series resistance RAz accounts for the related losses in the
conductors. The shunt capacitor CAz is created by the voltage v(z,t) which creates an electric
field between the two wires. Dielectric losses related to dielectric material between the two wires
are represented by the shunt conductance GAz. We can now apply Kirchhoff’s voltage and current

laws to the equivalent circuit of a small section Az. Kirchhoff’s voltage law provides:

i(z,1)
ot

Similarly, Kirchhoff’s current law gives:

v(z,t) — RAzi(z,t) — LAz —v(z+ Az, t) =0. (3.2)

Ov(z + Az, t)

i(z,t) — GAzv(z + Az, t) — CAz 5

—i(z+ Az, t) = 0. (3.3)
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Now divide (3.2) and (3.3) by Az and take the limit of Az — 0, resulting in two differential
equations with two unknowns (v(z,t) and i(z,¢)) which can be written in the following form:

0v(z,t) — _Ri(et) - Laz(z,t)’
di(z,t) _ L0vu(z,t)
82 = G’U(Z,t) CT

Equation (3.4) is known as the Telegrapher equation in the time domain. Since we assume a
sinusoidal time variation of all field components in this book, the voltage and current can be
written as:

v(z,t) = Re[V(z)e™,
(3.5)

i(z,t) = Re[I(z)e™],

in which w = 27f and f is the frequency of operation. In this case the time derivative of v(z,t)
in (3.4) transforms into a simple multiplication in the frequency domain:

0v(z,t)
ot

By applying this in (3.4) we obtain the frequency-domain Telegrapher equation:

< gV (2). (3.6)

a‘g(z) = —(R+wL)I(z),
( (3.7)
agiz) = —(G+wC)V(2).

The general solution of the frequency-domain Telegrapher equation is now a combination of a
voltage and current wave propagating in the +z direction and a wave propagating in the —z
direction:

V(z) = Vote ™™ +Vy e,

(3.8)
I(z) = Ife " +15e",
where v is the complex propagation constant:
Y=o+ 8 = \/(R+ij)(G+ij), (3.9)

in which « is the attenuation of the line and 3 is the phase constant. Note that the wavenumber
ko used in chapter [2] and chapter [ is strongly related to the phase constant 5. However, we will
use different symbols, since it is more common to use kg in the antenna community and S in the
microwave engineering community. The term e~7% corresponds to a wave propagating in the +z
direction and e7* to a wave propagating in the —z direction. Note that V(z) and I(z) in
represent the total voltage and current, respectively, at the position z along the line. It can be
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easily verified that (3.8) describes the general solution by substituting (3.8 into the Telegrapher
equation (3.7). By doing this, we can also obtain a relation between the complex voltage and
current amplitudes:

g
I = —1 vt

" R+ L (3.10)
_ - _
I 7y

0 R+ jwL °

In addition, the characteristic impedance Zy of the transmission line is defined by:

Vot R+ gwL
Zo= -0 = B (3.11)
I, v
The time-domain representation of the voltage along the transmission line can be obtained
by using the frequency domain solution (3.8]) and relation (3.5)). So for a wave travelling along a

transmission line in the positive z-direction we obtain the following time-domain representation:

v(z,t) = |ViT|cos (wt— Bz + ¢T) e, (3.12)

where it can be observed that « describes the exponential attenuation along the line and where
the phase constant 8 determines the wavelength on the line:

_271'

A
B

(3.13)

Question: Why is there a — sign in the expression of I, in 1)

3.3 The lossless transmission line

In the previous section we have derived the solution for the voltage and current along a trans-
mission line with losses, resulting in a complex propagation constant v = « + 38 and complex
characteristic impedance Zy. In a lot of practical applications, the losses along the transmission
line are very small and can, therefore, be neglected for a first-order analysis. When the trans-
mission line is lossless, the series resistance R and the shunt conductance G in Fig. [3:3] can be
neglected. Therefore, the propagation constant and characteristic impedance now become real:

v = 1B8=wVLC,

B = wVLC,
(3.14)

a = 0,

Zy =

Ql
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The corresponding wavelength and associated phase velocity of the wave along the line are given
by:

= 2l_ 27
B wVLC (3.15)
w 1

vy = — = —.

b B VLC

Example

A transmission line operating at f = 500 MHz has the following per unit length parameters:

L = 0.2 [pH/m],

C = 300 [pF/m],

(3.16)
R = 5[Q/m],
G = 0.01 [S/m].
Using , we find that the complex propagation coefficient is calculated by:
y=a+j8= \/(R + JwL)(G + jwC) = /=590 + 710.99 = 0.23 + 524.3 [1/m)], (3.17)

in which the square root was evaluated according to Im(vy) > 0. Re-calculating this for a lossless
line with R = G = 0 gives:

v =38 = jwVLC = 524.3 [1/m]. (3.18)

3.4 The terminated lossless transmission line

Consider the terminated lossless transmission of Fig. The line is terminated at z = 0 with a
complex load impedance Z; = Ry, + 3Xr. The total voltage and current at the position z along

the line are found by (3.8)) and (3.10) and using v = 73:

Viz) = Vgte P2 4 v el
v+ - (3.19)
I = 0 =38z _ 20 9Bz
(2) 7 e Z e

This equation still has two unknown coefficients VO+ and V. A relation between both coefficients
can be found by using the relation between the voltage and current along the load impedance.
At z = 0 this relation is given by:

VL _V(0) Ve 4V

= Zo. (3.20)
I, 10) vy

Zy, =
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Figure 3.4: The terminated lossless transmission line, terminated with a complex load impedance
Zr,

Rewriting (3.20]) results in:
_ Zr, — Zy
Vo o= =22 Ty (3.21)
0 ZL + ZO 0
We can now introduce the reflection coefficient I' as:
r - Y% _Zi-% (3.22)
Vot Zo+Zo

Some special terminations are:

Z;, = Zy, I' =0, matched load ,
Z;, = 0, I'=—1, short circuit termination, (3.23)
Z; = oo, I' =1, open circuit termination.

In case of a matched load Z, = Zp, the voltage along the line is constant |V(2)| = |V;"|. This line
is now also called to be ”flat”. In other cases when I = |I'|e/’ # 0, the magnitude of the voltage
will not be constant over the line:

V() = =|V|[1+re¥*

= Vo[ [+ Im1 020 a2 = 1, (3.24)

The voltage along the line fluctuates according to:

Vmax = "/()+"1+|F||v

Vinin = Vet 1= Tl (3.25)
max 1 F

VSWR = JYmes _ 1+1TI

Viin 1 —|T|
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where the VWSR is the voltage standing wave ratio which is a quantity that describes the fluc-
tuation of the voltage along the line. The VSWR is an important quantity that is often used to
specify the load conditions of active devices, like power amplifiers (PAs). PAs use semiconductor
transistors which have a maximum break-down voltage. By specifying a maximum VWSR, we
can avoid the maximum voltage along the line to exceed the break-down voltage of the transis-
tor. The reflection coefficient as defined in can be generalized to any point z = —[ on the
transmission line according to:

l
F(Z = —l) = 07 = I‘e_2]6l’ (326)

where I' =I'(z = 0).

Now let us consider the configuration of Fig. [3.5] and investigate the input impedance of
the terminated line with length [. The input impedance Z;,, looking into the terminated line from
the location z = —[ is now given by:

Viz=—1) Vi [ +Te ]

I(z=—-1) V' [el —Te 98
21, 4 97y tan Bl
0Z0 + 327 tan Bl

Zin =

2
(3.27)

Equation (3.27) shows that the input impedance of a terminated line can be tuned to a specific
value by changing the length [ of the transmission line. This can be very useful in matching
circuits and filters, as we will see lateron.

o Ve, 1) )
: o+
E Zy B E " Z
L | L | l |_ '
| | z
Zin -1 0

Figure 3.5: The terminated lossless transmission line with characteristic impedance Zy and length
[. We will assume that at the terminal z = —I the terminated line is connected to another very
long transmission line with characteristic impedance Zy.

Example
Consider a lossless transmission line of length [ which is short-circuited at the termination
(Zr, = 0). As expected in case of a short-circuit, we find from (3.22)) that the reflection at the
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termination I' = —1. The voltage and current along the line is determined from (3.19)) and takes
the form:
V(z) = —27V;" sin Bz,
2Vy"
I(z) = 0 cos Bz, (3.28)
0

Zin(z==1) = 3Zytanpl.

The corresponding V. SW R = oo since the minimum voltage on the line V,,;, = 0. When a power
amplifier is connected to a short circuited transmission line, the output voltage at the output port
of the amplifier may become much larger than the breakdown voltage. In this case, the amplifier

will be destroyed.

When the terminated transmission line is not well matched to the connecting transmision
line, that is Z;, # Zp, part of the incident power will be reflected. Now let us assume that the
load impedance is purely resistive Z;, = Ry. The incident power P;, and reflected power P, can
be related by using the magnitude of the voltage reflection coefficient:

|V |?
P, 2R, 2
= = T4, 3.29
B Vil T (3.29)
2R;,

Note that in (3.29)) we have used the time-average power which can be calculated from:

Pa’u(»z) = P(Z,t)dt

sl

S — 8T

v(z,t)i(z, t)dt (3.30)

M| =

= SRV,

in which a similar derivation as used in ([2.8) was applied. Note that the time domain voltage and

current can be expressed as:

v(z,t) = Re {V(z)eﬂwq = Re UV(@‘Q]MH%} (3.31)

i(2t) = Re|I(z)e*"] = Re [[I(2)]e"" 7]

Exercise
Derive the expression for time-average power, given by (3.30)), by using relation (3.31)).
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The return loss RL is now defined as the amount of power reflected by the load:

Related to return loss is the insertion loss. The insertion loss describes the loss of a transition
between two transmission lines, as illustrated in Fig. According to (3.19) the transmitted
wave for z > 0 takes the form:

Vi(z) = Vg Te 9P, (3.33)

where T is the transmission coefficient:
Zy— 2y 27
i+ 2y Z1+Zy

T=1+T=1+ (3.34)

Let P, be the power of the incident wave and P; the power of the transmitted wave. The insertion
loss IL is now found as:

P i [?
IL = —1010g10< 1) — —10logy, | 221
Pin Vo'l
2 (3.35)
VA
Z
I N . -— I N .
Z, E Z,
I N . -* I N .
!0 z

Figure 3.6: Interface between two transmission lines causing insertion loss.

3.5 The quarter-wave transformer

A very nice application of the terminated transmission line is the so-called A/4 transformer as
illustrated in Fig. A transmission line section of length [ = A\/4 with a characteristic
impedance Z; is terminated by a load impedance Ry. In this section we will only consider
a resistive load. The transformer is connected to another transmission line with characteristic
impedance Zj of which we will assume that the length is infinitely long or connected to a matched
source with impedance Z; = Zj (no reflections from the source). The impedance looking into
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Figure 3.7: The \/4 transformer in which a \/4-transmission line is connected to a terminated

lossless transmission line, terminated with a load impedance Ry,

the transformer at z = —\/4 can be calculated using (3.27)), where it should be noted that the
quarterwave line has a characteristic impedance Z;. Using [ = \o/4 and Z; = Ry we get:

Ry, + 971 tan Bl
! Zl + jRL tan 51
Ry, + 971 tan S\ /4 (3.36)
! Z1 4+ jRp tan S\ /4
4
R7L7

Zin =

where 8l = (27”) (%) = 5. From (3.36)) we find that the reflection coefficient at z = —\/4 is zero

when the following condition is satisfied:

o Zin — 2o

=220 0 Zyy = Zo — 71 = \/ZoRy. (3.37)
Zin + Zo

[(z = —)\/4)

Ezample

Consider a load resistance Ry, = 100 2 which needs to be matched to a long transmission line
with characteristic impedance Zy = 50 ). Design a quarter-wave transformer at the frequency
fo and plot the magnitude of the input reflection coefficient versus the normalized frequency
f/fo. From we find that Z; = /ZoRr, = 70.71 . The magnitude of the input reflection
coefficient is found from:

Zin+ Zo|’
Zin _ Zl RL + ]Zl tan Bl (338)
Z1 + ]RL tan Bl
Bl:ﬂ.
2fo

Fig. [3.8/shows a plot of the amplitude of the reflection coefficient of this quarter-wave transformer.
We can observe that only at the design frequency an optimal matching is obtained. This is a
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clear drawback of a single-stage quarter-wave transformer and limits the frequency bandwidth of
such a matching circuit. The bandwidth can be increased by using multiple stages. Note that the
transformer is also matched at | = nA/4 with n = 3,5, .....

abs(Gamma)
o S o
N a1 N
//
—

—
//
\

—_

ol L]

f/f0

Figure 3.8: Magnitude of the input reflection coefficient versus the normalized frequency f/fo of
a A/4 transformer terminated with a load impedance Ry, = 100 2

3.6 The lossy terminated transmission line

In practise, transmission lines will always be lossy, although the theory of lossless lines is generally
a very good first-order estimation. In case of a lossy terminated line, as illustrated in Fig. [3.9
the voltage and current along the line are found using the general solution of the Telegrapher
equation and can be written in the following form:

V() = Vi (e +Te%),
(3.39)
V+
I(z) = ZLO (e =T,
where I' is the reflection coefficient at the termination z = 0. The input impedance at z = —[ is

now found by:

Vie=—1) Vi [ +Te]
o= ~ v o=t (3.40)
Z1, + 32 tanh 1
0Z0 + 7Z1, tanh Al

Zin =




3.7. FIELD ANALYSIS OF TRANSMISSION LINES 37

V(z), 1(z) : -

+

Zy o,

|

_
N

S—1+—

LB l
I |
Zin -l

Figure 3.9: The lossy terminated transmission line with v = a + 30.

The power delivered at z = —[ is now:
1 *
Py = §R€ (V(=DI*(=1))
2 (3.41)
— ‘VO+‘ (62011 . |F|2672al)
279 ’

The corresponding power delivered to the load at z = 0 is found by:

P = %Re (V(0)I*(0))

2 (3.42)
27 ‘
The loss in the terminated line of length [ is found as the difference between P;, and Pr:
2
P = P — Pr = ‘V+‘ ([eQal _ 1} + |F|2 |:1 _ 672(1[]) (343)
loss in L 2Z0 .

The first term in (3.43)) is the loss of the incident wave along the line with length [. The second
term describes the loss of the reflected wave.

3.7 Field analysis of transmission lines

Real transmission lines may take various shapes. Fig. shows the cross section of various
types of transmission lines that support TEM or quasi-TEM wave propagation. The physical pa-
rameters like width of a microstrip line and dielectric constant and loss tangent of the substrate
can be translated into transmission parameters Zy, o, f and/or in terms of L, C, R, G. However,
for most transmission line types this cannot be done in an analytical way, since we need to solve
Maxwells’ equation using the boundary conditions on the metal structures. Approximate models
can be applied, but numerical methods need to be used in order to obtain very accurate results.
Nowadays, several open-source and commercial software packages, like QUCS and ADS are avail-
able with tools to determine the transmission line parameters for various types of transmission
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Coaxial cable, TEM mode

Parallel wires (twin lead), TEM mode

Stripline, TEM mode

Microstrip, quasi-TEM mode

Co-planar waveguide, quasi-TEM mode

GND

Metal waveguide, non-TEM mode

GND

Figure 3.10: Cross sections of various transmission lines that support TEM, quasi-TEM or non-
TEM wave propagation.

lines. A type of transmission line for which we can easily solve Maxwells’ equations is the parallel-
plate waveguide as illustrated in Fig. Although it is not a very practical transmission line,
its characteristics are quite similar to more practical transmission lines, e.g. microstrip line. It
consists of two large metallic plates separated by a dielectric substrate with permittivity € = €,.¢
and permeability pg. We will assume that the transmission line is lossless. In addition, it is
assumed that the width w > d. The TEM wave has zero cut-off frequency and propagates along
the z direction, therefore, £, = H, = 0 and E=FE, = (Eyty +Eyﬂ’y)e*]5'z. In this case, it can be
shown that the transverse components of the electric and magnetic field can be found by solving
Laplace’s equation:

VZE, = 0,
(3.44)

Vg, = o,

where the transverse electric field is Et = By, + Eyt, and V% = 92 / 92 + 92 / 0y? resembles the
Laplacian operator in the (x,y) dimensions. From ([3.44]) we can observe that the transverse fields
are the same as the static fields in a parallel plate configuration. From electrostatics, we know
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Oy=d)=V,

«— Oy=0)=0

Figure 3.11: The parallel-plate transmission line that support a TEM wave.

that the electric field in (3.44]) can be expressed as a gradient of a scalar potential ®(z,y):

Et = —Vt@(x,y), (345)

This scalar potential ®(z,y) satisfies Laplace’s equation:

Vid(z,y) = 0. (3.46)

The boundary conditions of this differential equation are as indicated in Fig. [3.11

®(z,0) = 0,
(3.47)

O(x,d) = W.

A solution of ®(z,y) cannot depend on z, since we have assumed that the width w is very large
(close to infinite). Therefore, ®(z,y) takes the form:

O(z,y) = — (3.48)

which can be easily verified by substituting this in (3.46]) and (3.47). The electric and magnetic
fields between the plates are now obtained using (3.45)):

D) \%
E(z,y,2) = —th)(.f,y)eijﬁz = —ﬂ'ygoefjﬁz’

1 Vi (3.49)
ﬁ(ﬂ?, Y, Z) = *?ZZ X E(.ﬁ, Y, z) = ﬁwie—]ﬁz’

n nd
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where the propagation constant § = w,/€ug and the intrinsic impedance n = /pug/e. The corre-
sponding voltage and current along the line are now given by:

d
V) = = [ By =Voe
0 (3.50)
I(Z) = / szx = / (_ﬁy X ﬁ) . ﬁzd.%' — H$d$ — LVO€*J,BZ
0 0 0 nd
The transmission line parameters are then found by (with R = G = 0):
V. nd
Z frd _— = — Q
0 7= U
= H
L = “02//|H‘2d5:“0d {]7
d v (3.51)
€ = ew [F
Cc = —//EQdS:— {]7
[Vol? IEl d |m
1
8 = wVLC=uw euo[l
m

3.8 The Smith chart

The Smith chart is a very useful graphical tool to visualize the behaviour of transmission-line
circuits. The Smith chart was developed by P. Smith in 1939, well before computer-based design
tools had become available. The Smith chart is still de-facto de standard representation tool in
microwave engineering. The Smith chart is basically built around the complex representation of
the reflection coefficient of a transmission line circuit, for example as described in in case of
a quarter-wave transformer. The reflection coefficient is complex and can be expressed in terms

of amplitude and phase:

Zin — Zo

Zin + Zo r+ Ly | |6

When we would plot I in the complex plane, we find that all values are within the unit circle, since
IT'| <1. In case Z;,, = Zy, I' = 0 and we would end up in the center of the unit circle. The most
common form of the Smith chart is shown in Fig. Note that the normalized impedance values
Zin = Tin+)Tin = Zin/Zo are listed in the Smith chart, where 7, x;, are the normalized resistance
and reactance, respectively. Let us now investigate some special cases in more detail. First assume
that the transmission line circuit is purely resistive with Z;, = R, + 3Xin = Rin = rinZo- In this
case we find that:

Zin—2Zy _ Tin—1 (3.53)

:Zin+Z0_7nin+1‘

Now T is real and describes a line along the horizontal axis with I' = —1 for r;, = 0 (short),
I' = 0 for 74, = Zy (matched load) and " = 1 for r;, = oo (open). Usually, Zy = 50 Q is used.
Another special case occurs when the load is purely reactive with Z;, = 37X, = jx;nZo. It can
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Figure 3.12: The Smith chart. The normalized impedance values ziyy, = Tin + JTin = Zin/Zo are
listed. Usually Zg = 50 €.

be shown that the reflection coefficient I' now describes a circle with amplitude |T'| = 1. This can
be generalized to the case of a constant resistance and varying reactance. In this case we obtain
circles as can be seen in Fig. [3.12] The lines for a load with constant reactance and varying
resistance can also be observed in the Smith chart and correspond to parts of large circles that
extend the unit circle. Smith charts with both impedance and admittance values are also available
and are useful when designing serial or parallel matching circuits. Fig. [3.13| shows such a chart.

Exercise

Plot the following load conditions in the Smith chart:
i. Zip =0,

il. Z;p = 00,

iii. Z;, =50 Q,

iv. Zin =50 — 7150 Q.
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Figure 3.13: Smith chart with normalized impedance and admittance coordinates.

3.9 Microwave networks

Consider a microwave network with K-ports as illustrated in Fig. Each port is connected to
a transmission line on which TEM-modes can propagate. At port k, the total voltage and current
is given by:

(3.54)
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Microwave network

Figure 3.14: K-port microwave network with port voltages and currents.

The relation between the port voltages and port currents is defined by the impedance matriz [Z]:

%1 Zn Zi2 . . 21k I
Va oy Zao . . Zok P

_ (3.55)
Vi Zk1 Zk2 - - ZKK Ik

In most practical case we will investigate two-port microwave networks with K = 2. The relation

between port voltages and currents then reduces to:

Vi VAVRVAD) L
_ , (3.56)
Vo Zo Za I
where the individual components of the Z-matrix are found by:
V] 1%
Zn = — Zig = —
I 1,0 Iy =0 (3.57)
Va Va
Zy = Zyg =
I [ ,=0 Iy 11 =0

Ezxample Consider the network of Fig. where a 50 () resistor is connected in parallel.
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The components of the impedance matrix are now found using (3.57)):

Vi Vi
Ty = — =50 0 Tho = -+ =50 Q
I [1,—0 Iyl —o (3.58)
V- 1%
Ty = = =50 Q Tog = = =50 Q
I |1,—0 I |1, =0
Il I2
- «
+ +
Vl 50 Q V2

Figure 3.15: 2-port microwave network with a parallel 50 Q resistor.

The voltage-current relation of a microwave network can also be expressed by means of an admit-
tance matriz [Y]. In case of a two-port network, we obtain:

L Yii Yio Vi
_ 7 (3.59)
I Yo1 Yoo Va
where the individual components of the Y-matrix are found by:
I I
Yii= Yig= =
‘/1 Vo=0 ‘/2 Vi=0 (360)
P Iy
Yoo = — Yoo = —
Vilva=o Valv,=o

Although the impedance and admittance matrices describe the behaviour of a microwave network
completely, it appears that this description is not very practical at microwave frequencies. This is
due to the fact that we cannot measure the complex values of the total port voltages and currents
in an accurate way at these frequencies. However, we can measure the amplitude and phase of
the incident and reflected voltage waves in an accurate way by measuring the complex amplitude
of the incident and reflected electric field of the TEM wave. This is done with a vector network
analyzer (VNA). Let us consider again the K-port microwave network, but now described in terms
of the complex amplitude of the incident and reflected waves at each port. This is illustrated in
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Fig. The normalized complex incident and reflected wave amplitudes are given by:

ap = V—’j:ﬁ\/z
VZo E T (3.61)
V-

by = —E=1-/2.

g N/ S

Note that Zy = 50 © is usually used in measurements. The relation between the incident waves [a]

Microwave network

Figure 3.16: K-port microwave network described using normalized complex amplitudes of the
incident and reflected TEM waves

and reflected waves [b] is determined by the scattering matriz [S], which for a two-port microwave
network takes the following form:

b1 S S12 a
_ , (3.62)
bo Sa1 S22 as
where the individual scattering parameters are found by:
b b
Sii=— Sz = —
1 laz=0 42 1a1=0 (3.63)
b b
Syt = — Sy = —
a1 las=0 a2 la,=0

So the scattering parameter Si; can be found by properly matching output port 2. The other
parameters are found in a similar way. In case of a one-port network, we find that the input
reflection coefficient I';, = S11. Now consider the two-port microwave network of Fig. [3.17] with
source impedance Zg at the input port and load impedance Zj, at the output port. The parameter
|S21]? is known as the forward gain and |Sy2|* is the reverse gain. Note that in case of passive
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Forward Gain (|S,,?) Lot
,,,,,,,,,,,,,,,,,,,,,,,, )
a
Two-port — 7
Microwave Network bz} L
O’—)
Reverse Gain (|S},|?) T,

Figure 3.17: Two-port microwave network with input and output terminated with Zg and Zp,
respectively

microwave networks both the forward and reverse gain are smaller than 1 and Se; = S92 due to
the reciprocity principle. The input and output reflection coefficients of this network are found
by:

b S19.5:
Fm - CTI - Sll 1 1221
! — — 52
'y (3.64)
b S12S!
Ty = 72:522_’_ 112 21,
@2 — - S
I's

where I'g and 'y, are the reflection coefficients when looking into the source and load, respectively:

. Zs — Zy

S = 5 T 5
Zs + Zo (3.65)

r, = Zr=%

Z1, + Zy

Combining (3.64) and (3.65) we find that T';, = Si; only if Z;, = Zy. Similarly, we find that
Fout = S22 when ZS = Z().

Exercise
Consider the two-port network of Fig. where a 50 (2 resistor is connected in series between
both ports. The source and load impedance are Zg = Z; = 50 . Show that the scattering
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matrix takes the following form:

S11 S12 B : 2 (3.66)
So1 Sa2 : 1
50 Q
I\ ] N
& A\
50 Q a, a
P AN 50 Q
i —
P bl b2
Vs
i D) )
U A\

Figure 3.18: Two-port microwave network consisting of a 50 2 lumped element connected in series
between input and output ports

3.10 Power Combiners

Power combiners and power splitters are one of the most commonly used microwave circuits. For
example, in basestations for wireless communications, where a high effective isotropic radiated
power (EIRP) is required to provide coverage of large macro-cells. A high EIRP can be achieved
by combining the output power of several power amplifiers using a power combiner. Another
application is in array antennas, where received signals from the individual antennas can be
combined into a single output signal. An example of a 4-channel power combiner is shown in
Fig. 3.19 Since power combiners are passive transmission line circuits, reciprocity holds. As a
result, power combiners can also be used as power dividers. The analysis of power combiners in
this section is based on the description from David Pozar [I§]. Fig. [3.20| shows the basic power
divider with unequal power division ratio a and a power combiner with equal power division ratio
with o = 0.5. It can be shown that the three-port network of Fig. [3.20] cannot be at the same
time lossless, reciprocal and matched at all ports at the same time [I§]. Therefore, any practical
realization of a combiner or divider will be a compromise. In the rest of this section we will
investigate several well-known power combiner/divider types. Since the passive combiner/divider
is a reciprocal device, we will only consider dividers in the remaining part of this section.

Let us start by taking a closer look at the T-junction divider as illustrated in Fig. An
input transmission line with characteristic impedance Z; is connected at the junction with two
other transmission lines with characteristic impedance of Zs and Z3, respectively. The additional
susceptance jB represents the fringing fields and higher-order modes that might exist at the T-
junction. For the sake of simplicity, we will assume that B = 0. The input admittance at the
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Figure 3.19: Ezample of a power combiner/divider with an unequal power division ratio, a 4:1

Wilkinson combiner used in base-station antennas, courtesy Rob Mestrom TU Eindhoven.

P,=P;P;

P=aP,

Unequal

divider
Py=(I-a)P,
P,
Equal

combiner

P3

Figure 3.20: Power divider with unequal power division ratio v (top) and a power combiner with

equal power division ratio (bottom).

input of the T-junction is now simply:

1 1
Yin = — + —.
' Z2+Z3

For a matched input port it is required that Y;, =

divider is:

_ W
27

Zo
an equal-split divider with o« = 0.5 and Zy = 50 €.

(3.67)

. Now suppose that we would like to design

0
The input power delivered to the matched

(3.68)
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=<

Figure 3.21: T-junction power divider with unequal power division ratio.

The corresponding output powers are given by:

2
1
223 2 (3.69)
p_LOQ_(l_a)P. _lp.
3—223— zn—2 in-

Both equations can be satisfied with the following choice for the characteristic impedances:

Zy =27y =100 €,
(3.70)

75 =274 = 100 Q.

The input impedance is now indeed Z;, = 50 €2 because of the parallel connection of two 100 2
impedances. However, the output ports are not matched and have a quite poor reflection coeffi-
cient:

Zowr = Z _ 333100 (3.71)

Dy =3 = _ _
2 3 o+ Zo 33.3+ 100

Note that poor output matching is not always a problem in an application. Another limitation
of the simple T-junction divider is the poor isolation between the output ports, which could be a
major issue in phased-array antennas.

A way to improve the poor output matching and poor isolation is by adding a star connection
of lumped-element resistors at the junction, as illustrated in Fig. In this case, an equal-split
divider is created. The impedance Z looking via the Zy/3 resistor into port 2 is given by:

z:%%:% (3.72)
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port 1

P, — Z,

Figure 3.22: Resistive power divider with equal power division ratio o = 0.5

From the input port we then obtain a Z;/3 resistor in series with a parallel connection of Z at
both output ports:

Zo 1 /47,
% 3 + 2 < 3 > 0

As a result, the input is well matched. Due to symmetry, the two output ports are also matched.
Therefore, all diagonal components of the scattering matrix [S] are zero: S1;3 = S22 = S33 = 0.
The other components of the scattering matrix can be found by determining the relation between
the input voltage V1 and the output voltages Vo and V3. Since all ports are matched, the total
voltage is equal to the voltage amplitude of the TEM-wave travelling in the +z direction, see also
. The voltage at the central node is now easily found by using circuit theory:

Vvoy_ 243 2 (3.74)
Zo/3+2Zy/3 3
The corresponding output votages at port 2 and 3 then become:

Zy  _3V_W (3.75)

Vo=Va=V_—"220 _ — .
2T T 0K Zo/3 T 4 2

As a result, the three-port scattering matrix takes the following form:

S St Sz 0 1 1
1
[S] = | So1 S99 S93 = 5 1 0 1 |- (376)
Ss1 S3a S 1 1 0

From (3.76) we observe that S9; = S31 = S2s = 1/2, which corresponds to a power level of
—6 dB with respect to the input power level. The output power at each of the output ports

P,=P;= me Therefore, 50% of the input power is dissipated in the resistors. This is a major
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drawback in most microwave applications. However, in integrated circuits (ICs) resistive dividers
could be useful, due to their small size. The power loss in such a circuit is not always a big issue
since it can be compensated by adding additional amplification stages. Note that the isolation
between the output ports of the resistive divider is also quite poor.

So far we have investigated power dividers with major limitations in terms of matching,
isolation or power dissipation. A power divider which combines excellent matching properties,
high isolation and low loss is the Wilkinson power divider. Wilkinson dividers can be made for
any division ratio, but we will only investigate the equal split case a = 0.5 in more detail in this
section. Fig. shows the transmission line circuit of the equal-split Wilkinson power divider
and a realization in microstrip technology. It consists of a T-junction with two quarter-wave
transmission lines with Z; = Zo = v/2Z, which are connected via a lumped-element resistor
R =2Z7,. The Wilkinson divider can be analyzed by using the even-odd mode technique. In fact,

Figure 3.23: Equal split Wilkinson power divider, Z1 = Zy = \/2Zy and R = 27,

we will excite the output ports with either the same voltage 2V; (even mode) and with opposite
voltage 2V, and —2V; (odd mode). By using superposition, we then obtain the total voltage at
the input port. From the voltages, we can determine the scattering matrix. The even-odd mode
analysis starts by creating a new drawing that illustrates the symmetry of the Wilkinson power
divider as shown in Fig. [3:24] All ports are terminated with a load impedance of Zy. Furthermore,
we will assume that Z = v/2Z, and R = 2Z,. Lateron, we will show that with these particular
values the best performance is obtained.

Even-mode analysis
In this case the source voltages at port 2 and port 3 are equal with Vi = Vi3 = 2V,. Due to
the symmetry in Fig. no current will flow through the resistors R/2, which means that the
symmetry line can be represented as an open-circuit. As a result, we can limit our analysis to the
circuit shown in Fig. [3.25| The resistor R/2 can now be neglected. The input impedance looking
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A 9
open open
circuit circuit 7

in,even

Figure 3.25: Fven-mode equivalent circuit of the equal-split Wilkinson power divider.

into port 2 is now easily found using the quarter-wave transformer equation (3.36)):

2 2
T = 22— V220" _ (3.77)
’ 270 270

The voltage along the lossless A/4 line with phase constant (3 is found using:
V(z) = V" (e79 4 Det?). (3.78)

As a result, the port voltages are given by:

Voo = Vi(z=-MA) =gV (1-T)=V,,
(3.79)

r'+1
Vie = VO0) = Vi (14T) = Vg,
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where I' is the reflection coefficient looking at port 1 into the load impedance 2Zy:

220 = V2Zy _ 2= V2 (3.80)
270 +V22Zy 242

The voltage at port 1 now becomes

Vi = —uE (381)

Odd-mode analysis
The source voltages at port 2 and port 3 now have equal amplitudes but opposite sign, Vo = 2V
and Vg3 = —2V;. Due to the asymmetry, the voltage along the symmetry line is zero as illustrated
in the equivalent circuit of Fig. [3.26] The quarter-wave transformer now transforms the short at

Figure 3.26: Odd-mode equivalent circuit of the equal-split Wilkinson power divider.

the end of the line to an open circuit at the start of the line at port 2. The remaining circuit is a
voltage divider. Therefore, the voltages at port 1 and port 2 are given by:

Vio = 07
(3.82)

1
Voo = 5(2‘/3) =Vs.

Total solution: superposition of even-odd modes
By applying superposition of the even- and odd-mode analysis we obtain the total solution when
exciting port 2. In a similar way, the solution when exciting port 3 can be found. In both the
even and odd mode, port 2 is matched. Therefore Soo = S33 = 0. In addition, it can be shown
that with Z = v/2Z, port 1 is also matched S;; = 0. The transfer functions when all ports are
matched are now found by superimposing the port voltages:

Vie + Vio )

S = S =0 = —,

2 2 Vée + V20 \/i
S13 = S31 = 7\_/%’ (3.83)

Sz = S32=0.
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The ideal Wilkinson divider has no losses since |S21|? = |S12|> = 1/2, so when used as a divider,
50% of the power is directed to each of the output ports. Furthermore, the isolation between the
output ports is perfect since Soz3 = S30 = 0. When we use it as a combiner to combine input
signals from port 2 and port 3, the ideal Wilkinson combiner will also be lossless as long as both
signals are identical, both in phase and amplitude. Any unbalance between the input signals
will be dissipated in the resistor. In a practical realization of the Wilkinson divider, there will
be losses due to metal losses, dielectric losses and spurious radiation. In addition, the isolation
(201ogyq |S32]) will be limited, typically to a value between -20 and -30 dB.

3.11 Impedance matching and tuning

Consider the circuit of Fig. where a source with complex source impedance Zg = Rg + 7 Xg
is connected to a complex load Z;, = Ry, 4+ 3X. The source could be a power amplifier and the
load could be an antenna. The time-average power delivered to the load is found by:

1
P, = SRe{ViI}}. (3.84)
where
VsZp,

VL = &

’ Zs+ 2y (3.85)

Vs

I = ————.

L Zs+ 21,

“C

Figure 3.27: Conjugate matching of a source impedance to a complex load impedance.

When substituting (3.85]) in (3.84) we obtain:

VslPZr | _1 Vs Ry (3.86)
|Zs + Z1|? 2(Rs+ Rp)?+ (Xs + X1)?

1
PL == 2R€{

The maximum delivered power is now found by determining the value of (Ry, X)) for which the
partial derivatives are equal to zero:
0Py, _ 0Py, _ 0 (3.87)
ORj, 00Xy, '

We find that this occurs when R; = Rg and Xj = —Xg, in other words when Z; = Z5. The
maximum power transfer to the load occurs when the source and load impedances are conjugate
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Matching
Vs () circuit 2

Figure 3.28: Matching circuit to obtain a good matching between the source and load.

matched to each other. In a lot of situations direct conjugate matching of the source to load is not
possible. In these cases, we can use a matching circuit as illustrated in Fig. [3.28 The matching
circuit can be created using either lumped elements, like inductors (with inductance L [H]) and
capacitors (with capacitance C' [F]), or by using distributed transmission-line components. Note
that lumped elements can only be used when the size of the component is much smaller as
compared to the wavelength. In PCB technologies, surface-mount devices (SMD) are commonly
used, with sizes down to SMD0201 (0.25 mm x 0.125 mm) and even SMD01005 (0.125 mm X
0.0675 mm). SMD components are typically used at frequencies up to 6 GHz. In semiconductor
technologies, much smaller inductors and capacitors can be realized. As a result, lumped-element
matching can be used up to much higher frequencies in integrated circuits.

Lumped-element matching can be realized by placing inductors and capacitors in series or
parallel to the load impedance. The impedances of these components in the frequency domain
are given by:

. 1
capacitor : 74 = el
Jw (3.88)
inductor : Z = jwlL,

where w = 2w f. The Smith chart is a useful tool to design such a network. Several commercial
and open-source tools are available to design lumped-element matching circuits. Suppose that we
want to match a particular load impedance Z; to a source impedance Zg. Fig. shows the
degrees of freedom when placing an inductor or capacitor in series or in shunt (parallel) to the
load impedance. By using several of these combinations (shunt-series) or (series-shunt), we can
reach any point in the Smith chart. In addition, transmission line sections could be added. Note
that ideal capacitors and inductors do not exist in practise at microwave frequencies. One has to
take parasitics and losses into account. This will deteriorate the performance of a lumped-element
matching circuit.

Exercise

Design a lumped-element matching circuit to match a complex load impedance Z;, = 200 — 3100 (2
to a real load Zg = 100 ). The frequency of operation is 1 GHz. You can use the design tools
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A

Series C Z/]

R —

ShuntC ===cC Z|

o—— T

Series L

Figure 3.29: Lumped-element matching illustrated in a Smith chart.

ADS or QUCS (open-source, http://qucs.sourceforge.net/). Check you final result in a Smith
chart using the strategy as shown in Fig. |3.29

Due to practical limitations of lumped elements at microwave frequencies, we generally
prefer to use transmission-based matching circuits. When both the load and source impedance
are real, we can use the quarter-wave transformer as discussed in section Another matching
strategy is to use stubs which are placed in parallel to a transmission-line transformer. An example
of such a circuit is shown in Fig. [3.30] The stub is either open ended or shorted. The imput

O O

! Y,=1/Z;
open or :

shorted 1
stub 1
1

Figure 3.30: Single-stub matching circuit
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impedance is then obtained using (3.27]):

shorted stub: Zs= jZptan Bl = 072y = jQL,
(3.89)
Zo  Zp 1

gtanpBl Q0 Q0

open stub : Zs =

Apparently, a shorted stub is the equivalent of an inductor and an open stub is the equivalent of
a capacitor, with [ < A/4. This equivalence appears to be very useful when designing microwave
filters, as we will discuss in more detail in section [3.12

Impedance matching with the single-stub tuner of Fig. [3.30] is now achieved as follows.
Let Yr = 1/Z7 be the admittance of the terminated transmission line with length d. We can

determine Y7 using equation (3.27)):

Zr, + 92y tan Bd

Zr =

070+ 721 tan Bd’ (3.90)
1
Yr = 7:GT+jBT.
Zr

Now choose the length d in such a way that G = Yy. Furthermore, the shunt stub is designed to
cancel the imaginary part of Y7, so Yy = —3Bp. Next to single-stub tuners, double stub tuners
can be used to increase the degrees of freedom. One of the additional advantages of a double-stub
tuner is that it can be designed in such a way that the line length between the two stubs can be
fixed, which simplifies the construction of such a tuner.

Exercise

Determine the parameters (I, d) of a single-stub tuner with a shorted stub to match a complex load
impedance Z;, = 100 — 360 €2 to a 50 () transmission line. Use transmission lines with Zy = 50 Q.
Answer: d = 0.125)\ and [ = 0.118)\, where A is the wavelength in the transmission line.

3.12 Microwave filters

Microwave filters can be used to manipulate the frequency response of a microwave system. Mi-
crowave filters are constructed using transmission line components. At lower frequencies (< 5
GHz) lumped elements (L, C) can be used as well. Well-known filter characteristics are low-pass,
high-pass, bandpass or bandstop. Fig. illustrates these four types using lumped elements.
There is a lot of literature available for designing lumped-element filters [I8], [19]. In this section,
we will assume that such an ideal lumped-element prototype filter is already known. We will show
how such a lumped-element filter can be transformed into a microwave filter using transmission
line components. In the previous section in we have already shown that shorted or open
stubs are equivalent to inductors and capacitors. With the particular choice that the length of
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[ 1

o

Low-pass High-pass Band-pass Band-stop

Figure 3.31: Lumped-element filters.

21 A
the stub [ = A\/8 we find that Q = tan 8l = tan (IS) = tan% = 1 which results in:
shorted stub: Zs=3Zy= 3L,
(3.91)
_Zo_ 1
7 C”
which resembles the equivalence of an inductor with inductance L and capacitor with capacitance
C at w = 1, respectively. Figure illustrates the equivalence between the open/shorted stub
and L,C lumped elements for any value of the angular frequency w = 27 f. Stubs can be used in

open stub : Zs

o 1=1/8 at @

Short
== L iaining Zg=al. Circuit
Z,Fjal Zin—jol

(o,
. o I=1/8 at @ o
i i A
Y;:=jaC Yi:=j@C
o—d (o, O

Figure 3.32: Equivalence of lumped-element L,C and shorted/open stubs with length of \/8. This
is also known as Richard’s transformation.

parallel (see Fig. [3.30) or in series to a transmission line. A parallel stub can be easily realized in
a practical PCB technology, for example as a shorted or open-ended microstrip line. A series stub
cannot be easily realized. Therefore, it is most common to transform series stubs to parallel stubs
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using the so-called Kuroda’s identities. Fig. shows the four identities. We will now show

ZyIn?

o O e o o—fm—o
Uz, == Z, |:> Z,In?

[, O- 0 [, O 0
z, | |
O—Wc O o O 0
z, |:> n’z, J_T 1(n°z,)
[, O- 0 [} O— O
| | 1:n2
[, O O [ O
Zat % Z, :> Z,/n? Ziln7§ g
[, O- 0 (e, O
12, 1H(n?Z,)
Il | | n2:1
(o, 1l % 0 (o, 1
2 —> wz, g
[, O- 0 [, O

Z
Figure 3.33: Kuroda’s identities. n®> =1 + Z—Q, l=\/8.
1

how Kuroda’s identity can be used to design a low-pass filter in microstrip technology. We will
start with a lumped-element prototype, corresponding to a third-order maximally flat low-pass
filter prototype (see [18], Table 8.3). The ideal circuit model and the corresponding steps towards
the final transmission-line equivalent is provided in Fig. The filter has a -3 dB roll-off at
10 GHz. We have assumed that both the input and output of the circuit are connected to 50€2
ports. The design starts with the ideal circuit model using two inductors and a parallel capacitor.
Next the lumped elements are transformed to transmission line sections, in line with Fig.
Finally, by adding additional A/8 line sections, we can apply Kuroda’s identity (see Fig. .
The final design can be easily realized in microstrip technology on a PCB. The corresponding
simulated performance of the original ideal circuit model and the final transmission-line low-pass

filter is shown in Fig.

Bandpass filters are useful to suppress out-of-band interference. In this way, bandpass filters
can help to reduce the linearity requirements of a receiver or reduce the out-of-band spurious
emission generated by non-linearities of a transmitter. A very practical realization of a bandpass
filter can be created by using parallel-coupled line sections, for example implemented in microstrip
technology. An example of a two-section coupled-line filter is shown in Fig. where the top
view of a microstrip implementation is shown. It uses two half-wavelength open-ended resonators
which are coupled over a quarter-wave length to each other and to the connecting input and
output transmission line. The characteristic impedance of the input and output transmission line
is assumed to be equal to Zy. The width of the resonators and the spacing between the resonators
determine the characteristic impedances of the odd and even modes that can propagate along
the coupled-line sections. By changing the resonators width and spacing, a specific bandpass
characteristic can be realized. Note that short-circuited resonators can also be used. One could
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Z,-503Q

Z,~100.3Q Z,~100.3Q

Figure 3.34: Design of a transmission-line low-pass filter in 4 steps using Richard’s transformation
and Kuroda’s identities with n?> = 1.995. Maximally-flat filter with N = 3, Ry = 50Q and
f-sqp =10 GHz.

Low pass filter, Ideal circuit (red) versus Transmission line (blue)
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Figure 3.35: Simulated performance of a low-pass filter, ideal lumped-element model (red) and

transmission-line equivalent (blue).

argue that the half-wavelength resonators are in fact printed half-wavelength dipole antennas,
as introduced in section However, when implemented in microstrip technology using an
electrically thin dielectric substrate, the electromagnetic field will be mainly concentrated between
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the metal strip and ground plane, and as a result, a strong coupling with the adjacent coupled
lines will occur. Therefore, the (unwanted) spurious radiation will be very limited. A single pair
of coupled lines is shown in Fig. [3.37l The two lines which are coupled over an electrical length
A/4 can be represented by the equivalent transmission line circuit as illustrated in Fig. and
consists of two open stubs which are placed in series and are separated by a quarter-wave line
[20]. Now let us assume that Fig. |3.37| represents pair k of a coupled-line filter, where we have
a total of NV resonators and N + 1 coupled pairs. Furthermore, let Z(’f and Zf represent the
odd and even-mode characteristic impedance of the k-th coupled pair, with £ = 1..N + 1. The
corresponding characteristic impedances of the A/4 stubs (indicated by Z;) and of the \/4 line
(indicated by Z.) of the equivalent circuit are provided in Fig. [3.37

V% y

m

V2 |

out

Figure 3.36: A two-section (N = 2) bandpass filter consisting of open-ended coupled lines.

In [20] design equations have been derived for the design of Chebyshev coupled-line bandpass
filters. The equations use a low-pass Chebyshev prototype as a starting point. Tables for such
low-pass prototypes can be found in [I8], [19]. The design equations from [20] are summarized

below:
W1 1
0 = — - -
! 2wo’ tanf;’
7

K = Kyy=—2,

1/ 9091

QIQR%+1) (Psin91)2
P = =7y ———
Q+ 1 , S 0 Kl/ZO ) (392)

2(K1/Zp)?

zl = ZNtl = Z,(1 + Psiné,),

zt = zZNt = 7,(1 — Psinéy),
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Coupled pair £

Z;=Z"+ 7! Zi,=Z+Z"

4 |

A4

Figure 3.37: The equivalent transmission line circuit of the k-th coupled pair with k = 1..N + 1.

Note that the characteristics impedances of the first and last stub are Z; = Z} and Zj1 = ZN+1

and for the coupled pair with k& = 2...N we have

Z Ki\? [tan6;\?
K, = 70’ Nk:\/<k>+<an 1)7
V9k—19k Zo 2

K
ZF = Ntk <Nk n k> ’ (3.93)
A
K
zy = Zévﬂ_k:s(Nk—k),
2

where g; are the component values of the low-pass prototype filter with cutoff radial frequency
Wi = 1. Furthermore, wyg = 27 fy is the design radial frequency and wy = 27 f; is the radial
frequency corresponding to the lower edge of the passband of the bandpass filter. The bandwidth
of the filter is 2(f0 — f1>/f0

Let us now consider an example to illustrate the usage of design equations and
. We will design a two-section Chebyshev coupled-line filter with a 20% bandwidth, 3 dB
ripple in the passband and a center frequency at 28 GHz. The first step is to determine the
low-pass prototype equivalent circuit. From [I§] we find that the prototype values are: go = 1,
g1 = 3.1013, go = 0.5339, g3 = 5.8095 with a cutoff radial frequency w; = 1. For the given
bandwidth requirement we find that wy /wy = 0.9. When substituting these values into the design
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equations (3.92)) and (3.93) we find the following values for the coupled-line filter:
Z} = 65220, 7z} =3478Q,

(3.94)
72 = 57.89Q, Z2=35550.

The characteristic impedances of the stubs and A/4 sections (see also Fig. [3.37)) now become:
Zi = 34.78Q, Zi=1522Q,
Z5 = 170.33Q, Z,b=11.17Q, (3.95)

Z5 = 7033Q, zL=1522Q, Zj=3478Q.

The final schematic of the bandpass filter is shown in Fig. and the corresponding frequency
response is illustrated in Fig. [3.39

TLOC TLOC TLOC TLOC
TL6 TL7 TL8 TL9
Z=34.7787 Ohm Z=70.3314 Ohm Z=70.3314 Ohm Z=34.7787 Ohm
E=90 E=90 E=90 E=90
F=28 GHz F=28 GHz F=28 GHz F=28 GHz
‘ ] ‘ k] ‘ k]
14 ['4 o
Term Term
Term1 TLIN TLIN TLIN Term2
] L1 TL2 TL3 Num=2
Z=50 Ohm Z=15.2213 Ohm Z=11.168 Ohm Z=15.2213 Ohm Z=50 Ohm
E=90 E=90 E=90
F=28 GHz F=28 GHz F=28 GHz

Figure 3.38: Schematic ADS model of the two-section (N = 2) Chebyshev bandpass filter consisting
of open-ended coupled lines with a 3 dB passband ripple and 20% bandwidth around the center
frequency fo = 28 GHz. Note that ideal transmission line models have been used.

Exercise

Design a two-section coupled-line bandpass filter with a 0.5 dB equal-ripple (Chebyshev) and a
30% bandwidth. The input and output are connected to 5082 transmission lines. The low-pass
prototype values are: go = 1, g1 = 1.4029, go = 0.7071, g3 = 1.9841. Answer: Z; = 24.75Q, Z} =
25.25 0, Z5 = 48.15 Q, Z4 = 17.96 Q, Z§ = 48.15 Q, Z, = 25.25 Q, Z§ = 24.75 Q.

3.13 Microwave amplifiers

Antennas are almost always connected to amplifiers. In transmit mode, the antenna will be
connected to a power amplifier (PA), whereas in receive mode the antenna will be connected to
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Figure 3.39: Simulated performance of the two-section bandpass filter of Fig. [3.38

a low-noise amplifier (LNA). With the continuous increase of the operational frequency of new
wireless applications, highly integrated active antenna concepts will need to be developed in order
to combat the interconnect losses between antenna and amplifier. Therefore, it is crucial for the
future antenna engineer to have a good understanding of amplifiers.

Microwave amplifiers can be realized in several semiconductor technologies, such as silicon-
based technologies (CMOS and BiCMOS), and III-V technologies, such as gallium arsenide (GaAs)
or gallium nitride (GaN). Discrete transistors can be used to realize an amplifier, but most com-
monly the amplifiers will be integrated in a more complex RF integrated circuit (RF-IC). More
background material on microwave amplifiers can be found in [21].

3.13.1 Power gain, available gain and transducer gain

For the analysis and design of amplifiers it is convenient to use three definitions for power gain.
Consider the amplifier circuit of Fig. [3.40[(a). In the center of this circuit we find the active device
(transistor) which is described in terms of a two-port network. The active device is connected to
the source via an input matching network and at the output it is connected to a load impedance
via an output matching network. Note that the combination of the output matching network and
load impedance could be the antenna impedance in case of a power amplifier which is directly
matched to an antenna. In a similar way, the source impedance and the input matching circuit
could be the antenna impedance in case of a low-noise amplifier. Fig. [3.40(b) shows the equivalent
circuit where the properties of the input and output matching networks are included in the source
impedance Zg and load impedance Zp,, respectively. The three definitions that we will use are:

Py 1,

P, del,in
load Py, 1, and the delivered input power to the amplifier Py i,

i. Delivered power gain Ggep = , which is the ratio between the delivered power to the
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Figure 3.40: (a) General amplifier circuit including an input and output matching network. (b)
Equivalent amplifier circuit.

P, av,out

av,S
output of the amplifier Py, oyt and the available power from the source Py, s.

ii. Awailable power gain Gg, = , which is the ratio between the available power at the

Per1,

av,S
load Py, and the available input power from the source Py, s.

iii. Transducer power gain Gr =

, which is the ratio between the delivered power to the

In section [3.9] we already derived the expressions for the input and output reflection coefficients,
given by (3.64) and (3.65). Now let Z;, be the input impedance looking into the amplifier as
indicated in Fig. [3.40, The voltage V; can be written as:

VsZi

— 8%yt (14 Ta). (3.96)
Vi Zs 7.~ 1 (14 Tin)

From (3.96) we can determine V;" and calculate the time-average input power to the amplifier,
similar to the approach of section [3.6
Vi o _ Vs[> [1-Tgf 2
Paetin = 1—|Tinl?) = 1—|0il?), (3.97)
del,in 220 ( | zn’ ) 8Z0 ‘1 _ I‘SPmIZ ( | zn‘ )

where I';,, I's and I', are given by (3.64)) and (3.65)). In addition, we have expressed Z;, in terms
of 'y, by using

r, = Zn-% (3.98)
Zin + ZO
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In a similar way we can determine the delivered power to the load:

vy |? Vsl? |1 (1 = [T [?) [1 = T
P, = s | (1_’FL’2) _ Wl Sl { ‘2L‘ )| |2’ (3.99)
27, 820 |1 = Splp|*|1 = TinL's]

where we have written the incident and reflected voltage wave amplitudes in terms of the scattering
coefficients using (3.61) and (3.62f). We then finally find the delivered power gain by using (3.97))
and (3.99):

P, So1]? (1 — |T 2
G del,L _ 821 ( a ITL[?) . (3.100)
Pietin |1 = Sool'p|* (1 — [Din|?)
In a similar way we can determine the other two power gain definitions:
G o Paw,out o ‘521‘2 (1 — ‘FS|2)
av = P - 2 N’
av,S |1 — 511F3| (1 - |Fout| ) (3_101)
Pier,1,
GT = % = GaUML = GdelMS’
av,S

where Mg and M, represent the source and load mismatch factors, respectively, and are given

by:

g — Faetin (L= |Fanl’) (- |Csf)

Pav,S ‘1 - Fz‘nFS|2 (3.102)
ML _ Pdel,L _ (1 - |Fout|2) (1 B ‘FL‘Q)
th,out |1 - FoutFL|2

Note that T’y is given in . Note that in case of a unilateral amplifier, e.g. Si2 = 0,
the expressions for the input and output reflection coefficient simplify to I';, = S11 and
Fout = S22-

As an example, we will use the BFU730F transistor from NXP Semiconductors. A basic
circuit (excluding biasing) using this amplifier is shown in Fig. [3.41] The amplifier is used as
a low-noise amplifier which is connected at the input to a dipole antenna with an impedance of
73 Q. The output of the amplifier is connected to a 50 €2 load. The complex amplitude of the
time-harmonic voltage source that represents the receiving antenna is equal to Vg = 0.01 V. The
S-parameters of the BFU730F transistor in terms of magnitude and phase at 400 MHz are given
by

Si1 = 0.87,—28°,
Si» = 0.01,76°,
(3.103)

Sa1 = 26.73,159°,

Ssy = 0.96,—16°.
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Figure 3.41: Amplifier based on the BFU730F transistor from NXP Semiconductors. The input
is connected to an antenna with an input impedance of 73 Q which generates an equivalent time-
harmonic voltage of 0.01 V. The output is connected to a 50 2 load.

By using (3.64) we find the input and output reflection coefficients:

Ty, = 0.77—50.41,
(3.104)

T = 0.89— 031,

The corresponding values for the three power gain definitions are found using (3.100)) and (3.101):

Gu = 34.7dB,
Gaw = 38.9dB, (3.105)
Gr = 29.7dB,

and the corresponding source and load mismatch factors:

Mg = 29.7—-34.7=-5.0 dB,

(3.106)
M; = 29.7-38.9=-9.2dB.
The power available from the source is
2
Pus = Vsl® _ 17 W, (3.107)

8Zs

which corresponds to -37.7 dBm. The available power at the output of the amplifier is then
Pyy.out = GavPap,s = 1.3 mW which is equal to +1.2 dBm.
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3.13.2 Stability

One of the key aspects in the design of amplifiers is the so-called stability of the amplifier circuit.
If |Tin| > 1 or |Tout| > 1 oscillation could be possible in the circuit of Fig. 3.40{(a). The amplifier
is stable if the following two criteria are both satisfied:

S125!
Tin| = 511+11272'1 <1,
T Sao
L (3.108)
S125:
|Fout| — 522‘1' 1 12021 < 1.
— =S
s 11

The amplifier is unconditionally stable if |I';,| < 1 and |T'py¢| < 1 for all passive source and load
impedances, e.g. with [I's| < 1 and |I';| < 1. The amplifier is conditionally stable if is
satisfied only for certain source and load impedances. Conditional stability can be easily visualized
by using input and output stability circles in the Smith Chart. Let us consider the output stability
circle in more detail. It defines the boundary in the Smith chart between the stable and unstable
region for I'y, when |T';,| = 1. The radius r1, and center ¢, of this output stability circle are given
by [21]:

= S12521
|Sa2]? — [A]2] (3.109)
o = 2 ASH)
|S22|? — [A]2
where A is the determinant of the scattering matrix:
A = 511592 — S12521. (3.110)

Fig. illustrates the use of the output stability circle in a Smith Chart. In a similar way,
source stability circles can be drawn in a Smith Chart to indicate the boundary between the stable
and unstable region for I's when |T',,;| = 1. The corresponding radius rg and center cg of the
input stability circle are given by:

re = 512521

[Sul? = AT (3.111)
g = O ASH)

[Sul? = [A]2

Often we are only interested in knowing whether an amplifier is unconditionally stable
within a certain frequency range for all source and load impedances. To check this we can use the
Rollett stability condition [22], expressed in terms of a condition for two parameters, K and A:

1—[Su1[* — [Soa|* + AP

K = > 1,
2‘512521‘ (3.112)

|A] = [S11522 — S12521] < 1.
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Load stability circle

Amplifier

1.0

Figure 3.42: Illustration of the output (load) stability circle in the Smith chart. It shows (green
region) which loads (represented by Z1, or I'r) result in load stability with I';y, < 1. Note that we
have assumed that |S11| < 1.

As an alternative for the K-A condition, the single parameter (u-test) introduced in [23] can also
be used to check if the transistor is unconditionally stable at a certain frequency:

no= Ll 1 >1, (3.113)
S22 — ST A| + [ S12521]

As an example, we can check the stability of the BFU730F transistor by substituting the scattering
parameters of (3.103) in to (3.112)) or (3.113)). We then find that K = 0.039 and |A| = 0.836.
The corresponding p-test value is g = 0.38. This means that this device is not unconditionally

stable at this frequency.

3.13.3 Amplifier design using constant gain circles

The overall gain of the amplifier of Fig. [3.40(a) can be maximized by carefully choosing the input
and output matching networks, specified by Mg and M. The main drawback of this strategy
is that the overall circuit will become quite narrow band in general. Therefore, it is better to
compromise on the achievable gain in order to realize a more broadband amplifier. By plotting
so-called constant gain circles in the Smith chart a trade-off can be made between realized gain
and input and output matching. We will consider a unilateral amplifier with S1o = 0. The
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unilateral transducer gain can now be written in the following form:

Gry = Ms|Sn|*M, (3.114)

where the source and load mismatch factors are now given by:

1—|Tsl?
Mg — =Tl )27
1= Suls| (3.115)
1— Ty
M, = (1T )2.
‘1 — SQQFL‘
The factor Mg is maximised when I'g = S7; with maximum value:
1
M ' (3.116)
S,max 1— |S11’2
We can now introduce a normalized value gg with
gs = =Mgs(1—|S . (3.117)
MS,maa: ( | 11| )

For a constant value of gg, expression (3.117) will be a circle in the I'g plane when plotted in a
Smith chart with radius and center given by:

(L —15u*) vI—gs

1—[Su*(1—gs) ~ (3.118)

9sST1

1—[Sul*(1 —gs)
If we again consider the BFU730F transistor and assume that this transistor is unilateral with
S12 = 0 and where the other scattering parameters are given by at 400 MHz, we obtain the
constant-gain circles as illustrated in Fig. Observe that the circle for Mg = 0 dB passes the
centre of the Smith chart at I's = 0. It can be shown that this is always the case for any device.

rg =

cs =

The maximum value for this device is Mg = 6.1 dB. In order to improve/simplify the matching
towards the source, we could compromise a few dB, for example by choosing the Mg = 2 dB circle
in Fig. [3:43] In this case we would choose the point I'g on the circle closest to the center of the
Smith chart as illustrated in Fig. In a similar way, we can find the constant gain circles in
the load (I'z) plane. The radius and center in a Smith chart are given by:

(1= 1S2*) vI—g1
1 —[S92/%(1 — g1) 7 (3.119)
gLS3
1—|S22[*(1—gr)
where gy, is the normalized value given by:

rL

cr, =

- = My (1—[S%2?). (3.120)
gL Y7 L( | S22 )

The constant gain circles in the load plane for the BFU7T30F transistor at 400 MHz are shown in

Fig. 3.44
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Figure 3.43: Constant-gain circle of the BFUT30F transistor at 400 MHz plotted in the source
(T's) plane. For Mg = 0 dB, we find cg = 0.495,28°, rg = 0.495; for Mg = 2 dB, we find
cg = 0.627,28°, rg = 0.356; for Mg = 4 dB, we find cg = 0.753,28°, rg = 0.215. The transistor
1 assumed to be unilateral.

3.14 Low-noise amplifiers

3.14.1 Noise in microwave circuits

In 1926 John Johnson at Bell Labs observed for the first time that a resistor generates noise in
the absence of external current biasing. This so-called thermal noise or Johnson noise is due to
the random motion of charges in the resistor material. Consider the resistor connected at the
input of a microwave amplifier, as illustrated in Fig. The available noise power generated
by this resistor at the input is given by:

N = kTyB, (3.121)

where k = 1.38 x 10723 J/K is Boltmann’s constant and B [Hz| is the noise bandwidth of the
system. Note that by adding additional resistors in series or in parallel at the input would not
affect the available noise power, since the available noise power is independent of the resistor
value. As a result, the available noise power at the input of any receiver will always be equal to
-174 dBm/Hz at room temperature (7p = 300 K). Note that dBm refers to decibel-milliwatts,
where 0 dBm corresponds to 1 mW of power. The noise figure F' of a two-port microwave network
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Figure 3.44: Constant-gain circle of the BFU730F transistor at 400 MHz plotted in the load (I'f)
plane. For My = 0 dB, we find c;, = 0.5,16°, r;, = 0.5; for My = 4 dB, we find c¢;, = 0.73,16°,
rr, = 0.27; for My = 8 dB, we find ¢y, = 0.89,16°, r;, = 0.1. The transistor is assumed to be
unilateral.

Figure 3.45: Thermal noise generated by a resistor at the input of a microwave amplifier.

is defined as the ratio between the input signal-to-noise ratio (SNR) and output SNR:
(+)

N;
(%)

No

(3.122)
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Since any microwave network will add noise to the available input noise power, we find that /' > 1.
Usually the noise figure is expressed in [dB] according to:

NF = 10log;o(F) [dB]. (3.123)

Exercise

Determine the available noise power at the input of a Bluetooth receiver operating in the 2.4 GHz
band at room temperature. The channel bandwidth is 1 MHz. Answer: N; = —114 dBm.

Let us go back to the amplifier of Fig. The amplifier is characterized by the available
power gain G, and noise figure F. By using relation (3.123)) and (3.121)), we can write the noise
figure in the following form:

() _(grs)

N/ \RIB) N,

F = (S> = (G(wSi> = GnIiD (3.124)
No N,

The noise which is added by the amplifier AN;"" seen at the input of a noise-free amplifier with
available power gain G, is given by:

No - G(wNz' _
Ga’u

Apart from the noise figure, it is often also convenient to express the noise performance of a

AN — (F — 1)k, Ty B. (3.125)

microwave network in terms of the equivalent noise temperature T, with

T, = (F-1)T. (3.126)

In order to visualize the noise performance and dynamic range of microwave receivers, a
power level diagram can be a very useful tool. Fig. [3.46] illustrates an example of such a level
diagram. In this case a Bluetooth receiver is considered operating in the 2.4-2.48 GHz band with
an instantaneous channel bandwidth of 1 MHz. All power levels are determined at the input of
the receiver. The equivalent input noise power is k7o BF. The minimum required SNR required
to demodulate the modulated received signal is assumed to be S,/N, = 12 dB. From the level
diagram we can determine the dynamic range in which the receiver has to operate.

Microwave receivers usually consist of several cascaded stages, each stage being characterized
by an available power gain and noise figure. In Fig. [3.47| a two-stage network is shown, consisting
of a source and two amplifier stages. At the output of the first stage we find:

Sl - Gavlsia
(3.127)

N1 = GuikyIoBFE;.
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-10 dBm (P,

Dynamic range of
receiver

D DR |

v
4
w {So/No)m/'n

-92dBm (P,,,)

-104 dBm (k,T,BF)
-114 dBm (k,T,B)

-174 dBm (k,T,)

Figure 3.46: Typical power level diagram of a Bluetooth receiver. All power levels are defined at the
input of the receiver at room temperature (To = 300 K). The channel bandwidth B =1 MHz, the
minimum required SNR for demodulation is S,/N, = 12 dB, the receiver noise figure NF = 10 dB
and the mazimum tolerated input power Ppa, = —20 dBm.

As a consequence, the input signal power and noise power for the second stage are given by Sp
and N7 and provide at the output of the second stage:

52 = Gav2sl = GaleanSia
(3.128)

Ny = GauaN1+ Gaa(Fo — D)kTo B = Gauaky ToB[Gap1 F1 + (F2 — 1)],

where relation (3.125)) was used. The total noise figure of the cascaded two-stage network is then

given by

(%) (5z3)

— Ni _ kaoB _ F2 -1

Fiot = (52) - ( e s ) =Fi+ 75— (3.129)
Ny Gav2kpToB|Gav1 F1 + (Fo — 1)]

Equation is also known as the Friis formula named according to the Danish electrical
engineer Harald Friis. As a consequence of this relation, the noise contribution of the second
stage is significantly reduced thanks to the available power gain of the first stage. In receiver
systems the first amplifier determines the noise performance and should have a low noise figure

and reasonable power gain. Often special (and more expensive) semiconductor technologies are
used to realize the first stage, for example by using III-V technologies such as Gallium Arsenide
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(GaAs). Similar to (3.129) we can also determine the equivalent noise temperature of a cascaded
two-stage network, resulting in:

T = T+ A2 (3.130)
Gavl

where T,1 and T¢s are the equivalent noise temperatures of the first and second stage, respectively,
which can be found using (3.126]). Friis formula can be extended to a cascaded network with N

Figure 3.47: Cascaded two-stage amplifier.

stages, providing;:

Fr—1 F;—1 Fy—1
Fiot = Fi+ + + o :
ot Gavl Galeav2 Galeav2 o Gaval (3131)
T, 2 T, 3 TeN
Ttot - T 1 + e + e + e 4 )
© ¢ Gavl Galeav2 Galeav2 te Gaval
Exercise

Determine the noise figure of a two-stage amplifier at room temperature. The first stage is a
high-performance GaAs low-noise amplifier with a 15 dB power gain and 1.6 dB noise figure. The
second stage is realized in low-cost Silicon with a power gain of 25 dB and 4 dB noise figure. Also
determine the overall equivalent noise temperature. Answer: N F;,; = 1.65 dB and Tg‘)t = 138.1 K.

3.14.2 Noise Matching

Consider a low-noise amplifier which is connected to a source with complex source impedance
Zs = Rg + 3Xg. The noise figure of this amplifier can be determined from the following relation
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211, [24]:

Ry,
Yy — Yot (3.132)

F = Fmin+Gs

where the source admittance is Yg = 1/Zg = Gg + yBs. The other three parameters in (3.132))
quantify the noise performance of a particular single-stage low-noise amplifier:

e Foin, the minimum noise figure at particular DC-biasing of the transistor,
e R, =1/G,, the equivalent noise resistance of the transistor,
o Y, the optimum source admittance that provides the minimum noise figure.

Relation (3.132)) can also be rewritten in terms of impedance values:

G
F = Fpin+ == |ZS - Zopt|2 , (3133)
Rs
Sometimes (e.g. in case of ultra low-noise amplifiers for radio astronomy) it is also convenient to
convert (3.132)) to the equivalent noise temperature:

T, = Toin o Vs — Yol (3.134)
S

where the minimum noise temperature is Tyin = (Finin — 1)Tp. It appears to be very convenient
for the design of a particular low-noise amplifier to use the Smith chart. In the Smith chart we can
indicate the region for the source impedance Zg for which the amplifier has a noise figure below
a certain value. In the same Smith chart other regions can be indicated for Zg in which other
relevant performance indicators, such as the available power gain G, is higher than a certain
minimum required value. If the regions overlap, a suitable choice for Zg can be obtained that
satisfies all requirements. In order to be able to use in a Smith chart, we need to convert
the admittance values to reflection parameters. By using

1-T

Yopt = }/O 0pt’
1+ Lopt (3.135)
1-Tg

Yo = Yp—-2

o T Ty

we can transform (3.132) in the following form:

4R, ITs — Topt|?

~ . (3.136)
Zo (1 —|Ts|") |1+ Toptl

where I is the optimum source reflection coefficient that would result in a minimum noise figure
and I'g is the realized source reflection coefficient. It can be shown that (3.136]) represents a circle
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for I's in the Smith Chart with center Oy and radius Ry given by [24]:

o 1—\opt
On = 1+ N’
1
_ 5 _ 2 3.137
Ry = 1+N\/N +N(1 |ropty), (3.137)
F_Fmin 2
N = — 14T,
4R,/ Zy [T+ Lopt|

where NV is also known as the noise figure parameter. Let us now consider an example to illus-
trate how noise circles can be used. Consider the SiGe bipolar transistor BFU730F from NXP
Semiconductors. From the datasheet we find that at 400 MHz, with a DC collector current of
I. = 10 mA and collector-emitter voltage Vog = 2 V, we get NF,,;, = 0.57 dB, R, = 6 Q and
Zopt = 100 4 75.2 €2. Suppose we want to design an amplifier using this transistor with a noise
figure below 1 dB. The noise circle that defines the area in which I'g can be selected to obtain a
maximum noise figure of 1 dB is given by:

N = 0.443,
Ony = 0.2315+ 70.016, (3.138)
Ry = 0.53.

The resulting noise circle is shown in Fig. We can observe that with a 50 2 source connected
at the input of the transistor, a noise figure below 1 dB will be obtained.

Exercise

Determine expression (3.136)) from ((3.132]) and ((3.135)).
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+j1.0

Noise circle NF=1 dB

Minimum noise figure

1.0

Figure 3.48: Noise circle for NF = 1 dB corresponding to an amplifier based on the BFU7T30F
transistor at 400 MHz biased at I. = 10 mA and Vog = 2 V. When the source impedance falls
within the noise circle, the resulting noise figure will be below or equal to 1 dB. The minimum
noise figure of 0.57 dB is obtained at Zyp = 100 + 35.2 Q or Iy = 0.334 + 70.023



Chapter 4

Antenna Theory

In this chapter we will introduce the general properties of radiated fields from antenna sources.
We will use Maxwell’s equations in the space-frequency domain as a starting point in which
the antenna is represented by a current or charge distribution. Next, we will determine the
electromagnetic field in the far field of an arbitrarily electric current or charge distribution. Based
on this, several elementary antenna structures will be analyzed, such as wire antennas and loop
antennas. Finally, we will introduce magnetic sources and the Lorentz-Larmor theorem in order
to extend the theoretical framework towards the analysis of aperture antennas, such as horns,

reflector antennas and microstrip antennas.

4.1 Maxwell’s equations

Maxwell’s equations describe the propagation of electromagnetic waves generated by a current or
charge distribution in any medium. In the time domain Maxwell’s equations are given by

—

. _ 0B(7t)
V X S(T,t) = T,
_ OD(7. t .
Vx A L) = g"’ ) ¢ A,
t (4.1)
V-B(Ft) = 0,
V-D(Ft) = pe(7t),

where € is the electric field in Volt per meter [V/m], D the displacement current in Coulomb
per m? [C/m?], B the magnetic flux density in Weber per m? [W/m?], H the magnetic field in
Ampere per meter [A/m], pe the electric charge distribution in Coulomb per m?® [C/m®] and 7,
the electric current distribution in Ampere per m? [A/ mz]. In addition, the continuity equation
provides a relation between the electric current and charge distribution:

v@(mHM = 0. (4.2)

79
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Note that the continuity equation is not an independent equation, but can be derived from
Maxwell’s equations (4.1)).
Since the propagation of electromagnetic waves from a transmit antenna to a receive antenna

usually takes place in free-space, we can state that:

(4.3)
B(Ft) = uoH(7t).

Furthermore, we will again assume a time-harmonic dependence of all field components, currents
and charges, with angular frequency w = 27 f, where f is the frequency expressed in Hertz [Hz].
In this way, the electric field is expressed as:

E(F,t) = Re|E(Me*]. (4.4)

A similar relation holds for the other components of (4.1). Maxwell’s equations now reduce to
the following set of equations:

VxE() = —puH(),
VxHE) = jweEF) + J.(F),

(4.5)
V- H(

~—

0,

VoE@ = pee(:)

—

Next step is to determine the electric and magnetic fields, E(7) and H(7), due to the
source distributions, given by J,(7) and p.(7). From these frequency-domain fields, we can then
determine the physical (time-domain) fields £(7,¢) and (7, t) by using relation . Note that
in , we have used the linear properties of Maxwell’s equations, which allows to interchange
the vector operators Vx and V- with the operator Re[]. In the rest of the derivation, we will
omit the use of () in our notation. From V - H = 0 we can conclude that H can be expressed in
terms of a vector potential A, according to

- 1 -
H=—V xA.. (4.6)
Ho

Note that A, does not have a unique solution, since the vector A} = A, + Ve, with ¢ an
arbitrarily scalar potential, provides exactly the same solution of H. Substitution of 1’ in the
first equation of (4.5)) provides

V x E=—wV x A, (4.7)
which leads to

E=—wA. - Ve, (4.8)
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where ¢, is an unknown scalar function of 7. Substituting (4.8) in the second equation of ({4.5|
gives

V x V x A, = gweopo E + poJ, = k2 A, — qweopoVee + pio e (4.9)

Where kg is the wavenumber in free space with kzg = wlegpg = w? / c?, with ¢ the speed of light.
By using the vector property V x V x A, =VV. A, — V%‘Ye, l becomes

VZA,e + k(%ge =VV. A)e + gweopoVoe — NO&fe- (4'10)
Up to now, we did not specify the scalar potential ¢.. We will choose ¢, according to
VA = — JWEQ 0 Pe - (4.11)

This particular choice is known as the Lorenz-gauge. Equation (4.10) can now be re-written in
the well-known Helmholtz equation

V2A, + kA, = —pg .. (4.12)
Note that we also need to satisfy the last equation of (4.5)). This results in
V- (eFE) = —jweV - Ae — 0V2he = pe. (4.13)

Again, we apply the Lorenz-gauge, which provides us

V3¢, + ke = —ff. (4.14)
When considering antennas, the sources which are represented by the electric current density
J, and charge distribution p., will be located within a finite-size volume V4. This is illustrated in
Fig. As a first step, we will determine the solution of the Helmholtz equation for an electric
dipole (point source) oriented along the z-axis located at the origin of the coordinate system
(z,y,2) = (0,0,0) , where i, represents the unit vector along the z-direction. The configuration
is illustrated in Fig. [£.2] Now let Ij be the total current flowing through the dipole and [ the length
of the dipole. Characteristic for the electric dipole is the fact that the length is much smaller than
the free-space wavelength, so | < Ag. The product Iyl = p is also called the ”dipole-moment”.
The current density along the electric dipole can now te expressed as:

J, = Ipld(x)8(y)6(2)d, = Iold(7) . (4.15)

Here (r) represents the three-dimensional delta function. Since the current has only a component
in the z direction, the vector potential will also only have a component in the z-direction, i.e.
/Te = A¢,i,. The vector potential now satisfies the following equation

V2 Ao, + k3 Acy = —polold (7). (4.16)

The scalar quantity A, needs to represent a spherical behavior, since we have assumed a point
source. As a result A.,(7) = A¢.(r). Therefore, we can rewrite (4.16]) in the following form
1d < 9 dA
——|r
r2dr dr

)+ B AL =~ (7). (4.17)
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i

Figure 4.1: The antenna current and charge distribution are located within the volume Vj

zZ A

~y

~
[E—
~

Figure 4.2: Electric dipole located in the origin and oriented along the z-axis with j; = Iylu,.
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Outside the origin, we now find two possible solutions of this differential equation:

C

1 — = ,gkor
s re (4.18)
¢ _ ki
Agz = 76 JRoT

where C is a constant. The first solution Al represents a spherical wave propagating towards
the source, whereas the second solution A2, represents a wave which propagates away from the
source. This is due to the fact that we have assumed a ¢! time dependence of the fields. We will
use the second solution, where we still need to determine the constant C'. We can determine C by
substituting kg | 0 in , which transforms into the Poisson equation known from electrostatics
with solution

4. — Holol (4.19)
© 4mr

polol

As a result, we find that C' = . The general solution of the vector potential A, of an electric

0
dipole along the z-axis now takes the following form:

1

ﬁ Iol
A = @A, = Z‘fwi e~ dkor. (4.20)

The vector potential in has the same direction as the dipole. This can be generalized
to all directions. Therefore, the vector potential of an arbitrarily oriented dipole located at
70 = UzTo + UyYo + U.z9 can be found by substituting r in expression by |7 — 7| =
V(@ —20)2+ (y — y0)2 + (2 — 20)2. We now obtain

. o e Jko|F—T0|
AF) = Joz(m)i‘—of
T |77 = 7ol (4.21)
= Ll(7)G(F, 7).

The function G(7,7y) is known as the Greens function and represents the response of a point
source. The Greens function plays an important role in numerical electromagnetic methods (e.g.
Method-of-Moments) which are used to analyze complex antenna structures. More details can be
found in chapter

The vector potential of a general electric current distribution J, within the volume V{ can
be obtained by applying the superposition principle. The solutions of expression and

for an observation point P outside the source volume V{y can now be easily found by:

Ay =22 / J. (*)Q_JkO‘F_FO|dV (4.22)
ell") = —— e\T0) == ) .
A Jv, 0 |77 — 70| 0
- o L 4.23
ell") = e\T0) == ) .
6 = e | PelF0) r Ve (4.23)
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where 7 indicates a source coordinate in the volume V{; and  indicates an observation point at
which the fields are being determined. It should be noted that the solutions of (4.12]) and (4.14])
should meet the Lorenz-gauge. By using the notation

1 e Jkol™—70l

Frg) = ———— 4.24
cp(r7r0) 47T ‘F_ 7:»0‘ ) ( )
we find that
V- Je(f0)p(F, 7o) = o(F,70)Vy - Je(Fo) + (Je(70) - Vip(F, 7))
= Juliv) - Vepl7 7o) (4.25)

—

= _Je<7?0> : VTOSO(F: FO)

Note that the operator V,. is related to ¥ and not to 7. Furthermore, we have used the fact that
V,ro(T,70) = =V, @(7, 7). As a next step, we will determine V,. - A,

vf&m::m/vfi%wmwwa
Vo (426)

—

= MO/V (7, 70) Vg - Je(T0)dVo —,uo/v Vi - Je(70) (7, 7o) dVo
0

0

By applying Gauss theorem and by selecting a volume V;; much larger than the source region, the
second integral on the right-hand side of equation (4.26)) will vanish. In the first integral we can
replace J (7)) by means of the continuity equation 1) by pe. This results in the Lorenz-gauge:

Ve Ad®) = gm0 | AR Ro)Ve
Vo (4.27)
= —jweopoPe(T).

By using the Lorenz-gauge we are able to express the fields E and H directly in terms of the
vector potential ffe.

L1 .
H=—VxA,, (4.28)
Ho
E = —wA, V.
- CA,
= —]wAe _|_ L
JWEQLLO (4.29)

1 . . .
= [V x V x A, + VA, + KA,
JWE Lo

= [VxVx - pl].
Jweo o
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Outside the source region, we now find that

- 1 S
H = —VxA.,
1o (4.30)
. 1 S
E = V xV x A..
Jweoto

Since the vector potential ffe only depends on J; (and does not depend on the charge distribution
Pe), we only need to know the electric current distribution J, on a particular antenna structure
in order to determine the radiated electromagnetic fields. This is a consequence of the applied
Lorenz-gauge.

4.2 Radiated fields and far-field approximation

In chapter [2| we have discussed the various field regions of antennas. Since most antennas are used
to transfer information over long distances, we are primarily interested in the fields far away from
the antenna. In this section we will determine a general analytic expression of the electromagnetic
field in the so-called far-field region of the antenna. The derivation starts with the expression of
the vector potential (4.22)), which we derived in the previous section. Combining this with (4.30))
results in

. 1 .
H = —VxA,

Ho (4.31)
= VT X Je(Fo)go(F, Fo)d%,
Vo

where ¢ has been defined in [4.24 Furthermore, operator V, X is performed on the field point 7.
We now know that

Vi X Jo(70) (7, 70) = @(F,70) Vi X Jo(Fo) + V(7 70) X Ju(i). (4.32)

Note that V, x J_;(Fo) =0 and

1 Lo 1 1 P
V(. 7) = L e—tkol=Toly ( ) v, (e kolF=7ol) 4.33
r(7,70) P "7 + e (e ) ( )

By using the following relations

1 =70
Vo [ —— ) = ———=, 4.34
T(F—ﬁ)) |7 — 703 (434)
and
v, (e—akow—m) — _]koe—]kO|F—Fom, (4.35)

we find that

o 1 1 —skora o
H = — / (—jko - ) C iy, x Ju(7o)dVe, (4.36)
4 Vo rd
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where we have introduced the coordinate 7y according to 7y = 7 — 7’y with rqy = |7;| and where

. . . . e N T
the unit-vector in the direction 7y is given by i, = ay
Td

We will now derive an approximation of the magnetic field H , which is only valid at a large
distance from the antenna system. The distance ry between a field point P with coordinates
(z,y,2) and the source point with coordinates (zg, yo, 20) is given by

ra = /(@ = 20)* + (v — 90)? + (= - 20)2). (4.37)

This can also be written in the following form

ra = /(2 = 2(w0 + yyo + 220) + (5 + 4 + ), (4.38)
with 72 = 22 4+ y? + 22. In the far-field region g, yo and zy will be very small as compared to 7.
As a result, we can express 4 in terms of a binomial distribution according to

1 2 x}+ yg + 28
ryg = rl1+2<r2(x:co+yyo+zzo)+o HhT 4%

2
1 2 x3+y§+z§>
8

—2 <—TQ (zz0 + Yyyo + z20) +

(4.39)

_ o |p_ Fot Yo+ 220 wf+ys +28  (wxo +yyo + 220)°
72 272 274

. TTo + YYyo + 220
T

= T‘—’JT~T_”0,

2

- 2 2
r To+ Yo+ 2

with @, = —. This approximation is only valid if the term is small enough. The

corresponding exponential factor will be close to 1. The criterion W]TECh is often used in literature
is

oY+ _ Ao

2r 16

Consider an antenna with maximum dimension L and assume that the center of the antenna is

located in the origin of our coordinate system. Equationnow corresponds to the well-known

far-field criterion introduced in chapter

(4.40)

217
R>—. (4.41)
Ao
e—Ikora
We can now also replace the variable r4 in the denominator of by r in expression (4.36
Td
when the following conditions are fulfilled
max(rxo + yyo + 220) <K 1%, (4.42)

and

max (23 + y2 + 23) < r’. (4.43)
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The second condition is fulfilled when r > L. In addition, the first condition is then also fulfilled
1

since x/r, y/r and z/r are both of order 1. If r > A9, we can replace (—]k‘o + ) by —jko. By
Td

applying these approximations, we now obtain the following expression for the magnetic field H

- — gkge ko - Lo
g - 7 Ze / 0y, % Jo (i) R0 To gy, (4.44)
r Vo

If our observation point P is located far away from the antenna, the vector u,, and vector u, will
be parallel to eachother. As a consequence, we can replace u,, by u,. The unit vector , does
not depend on the source point ) and can, therefore, by moved outside the integral. We then
finally obtain

S —9kge~Ikor - I
H = ﬂ%mx Jo (7o) ekt To gy, (4.45)
r Vo

Expression (4.45)) leads to several important conclusions:
i. H has an % dependency.

ii. From e 7%0" and the time-harmonic behavior e*?*, we can conclude that the waves propagate
away from the source.

iii. H - i = 0. This implies that the radial component vanishes in the far-field region.
iv. The magnetic field can now be expressed as

—gkor
— 6']0
H =

(g Hy (0, ¢) + tipHy (0, ¢))- (4.46)

The components Hy (0, ¢) and Hy(0,$)) can be determined in the following way. We can
express the electric current density in the following form

Jo = Jerily + Jogllg + Jepiiy. (4.47)
We then obtain
Ty X Jy = Jopiiy — Jeglip. (4.48)

The field H can now also be written as

_]koei.]kor
4rr

i— / (Jeolis — Jupig) M0 T0qVp, (4.49)
Vo

This specific formulation of the far field was already used in (2.6)) in order to determine the

radiation pattern of an antenna.

v. The field H in the observation point P can be interpreted as the superposition of the contri-
butions from all source points. Note that the term %™ corresponds to a phase difference
between source point @ (zo, Yo, 20) and the origin (0,0, 0)
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The final step in the derivation of the radiated fields from a general antenna is the deter-
mination of the electric field E(7) using expresssion (4.30)

—

1 B,
E = V x V x A,. (4.50)
Jweolto

The vector operator V x A, was already applied previously resulting in 1) The electric field
E now takes the form

1

1 1 e~ kora -
= Vi, X (—jko — ) 5—Tgq X Je(70) | dVp, (4.51)
4Amwen Jvg T4 rs

Note that the operator V., is not only a function of the vector 7y but also of 7" due to the factor

7 — 7 — 7. With (7, 7) — (-ﬂm - :d) e_gord and @(F, %) = %y x J (%), we obtain
V. xvyd = Vupxd+ PV, xd,
Vexd = Vpx [(F—70) x Jo(io)]
= —2J.(7), (4.52)
R S =

1 e—Jkora e~ Jkora 1 .
= (—jko—) V,«( 3 > =+ 5 5 Ur,-
Td T3 Ty T3

Furthermore,
e—Ikora oor 1 1 .
Vil =] = =275, + 5 (=gko)e™ ™" iy, (4.53)
Tq Ta Ta

By substituting this expression in (4.52)) we obtain

e hora 3 3
) = — k-1 — = | . (4.54)
Ve r2 0 [ Jkrq * (kOTd)Q} Ura

When we apply the same kind of far-field approximation as used for H we find that

. —k2 —gkor . o
- Jwe(()) e47rr /v Uy X [ﬁ” % Je(FO)} eIV, (4:55)
0

By substituting ,, by u,, we finally arrive at the expression for E in the far-field region of the
antenna:
— k;% e—Jkor

E = Ty X Ty x| Jo(7o)e?Ro o qy;, (4.56)
Jweg  Amr Vo
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Note that the expressions of E and H given by 1) and 1} can also be obtained by
substituting the operator Vx in equation (4.30) by (—jko)i,x. Applying the vector identity
Ax[BxC]=(A-C)B—(A-B)C to expression (4.56) we find

_ k:% e—Jkor

E = 0 TP\ — Jo ()| koo
e [ [ T — T et v,

4.57
KR emokor 0

- 0 oo (7o) + U Tep(To)) 0T TOQV,.
i L o))+ o)) € ;

From 1j we can conclude that E - @, = 0, which implies that the radial component of E
vanishes in the far-field region of the antenna. As a result, the electric field E is perpendicular to

Uy
By combining expression (4.45)) and (4.56)) we can observe that
E = Zoﬁ X 1_[7«,
(4.58)
. 1., -
H = Zur X E,

€0
electromagnetic waves in the far-field region behave locally as TEM waves. The Pointing vector

is now readily found from (|4.58))

where Zy = /B2 ~ 377Q) is the free-space wave impedance. From (4.58) we find that the

- 1 .
Sp(f) = Re|E x H]
2
_ %Re B x (i@, x E)]
0 (4.59)
1 _'* — ' — *
= gy e (B E*)i, — (B - i) E7]
1 =
= —|E*d,
2ZOI |,

since E - @i,. As expected, the electromagnetic energy indeed flows in the radial direction.

Summary
For an antenna described by an electric current distribution J_;(f’o) within a finite volume V;, we
can express the corresponding electromagnetic fields in the far-field region by

S —gkgeJkor - oo
H = Lﬁr % Je(f‘o)ejkour-mdvm
d7r Vo

. —k2 —gkor . oL
Fo= ZMeTh d x / T (7)Mo To g,

Jweg  Amr Vo (4.60)
E = Z()ﬁ X ﬁr,
Zy = JE ~ 3770

€0
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4.3 Electric dipole

The most elementary antenna is the electric dipole. The electric dipole is an infinitely small
current element, which can be approximated in practice by a small linear antenna with a length
much smaller than the free-space wavelength A\y. The electric dipole is located in the origin of our
coordinate system and directed along the z-axis, as indicated in Fig. The current distribution
fe along the electric dipole can now be expressed in terms of the delta function:

J, = 1pl6(x)6(y)6(2)d, = Iolé(7) .. (4.61)

Where Ij is the total current which we assume to be constant along the electric dipole. The length
of the antenna is [. The delta-function d(z) belongs to the class of generalized functions with the

property:
~(z0) = / 5(z — z0)v(2)dz. (4.62)

The delta-function can be visualized as follows

— —5<z<73
§(z)=¢ ¥ : (4.63)

0 |z| >

IS

where w needs to be very small. In order to determine whether (4.61)) indeed represents an electric
dipole, we need to investigate the corresponding charge distribution p. which can be found by
applying the continuity equation (4.2]):

1 - —1Iyl

—V - J(7) = —L6(x)6(y)8 (). (4.64)

Jw Jw

pe(T) = —

By considering the derivative of (4.63)), ¢’(z), we can represent(4.64) by a set of two point charges
with opposite sign and located on the z-axis at z = w/2 and —w/2, respectively, since

§(z) = % [5 <z + 2’) 5 (z - 2’)} . (4.65)

Let us now determine the electromagnetic fields in the far-field region of the electric dipole
by using the general expressions derived in chapter

. —gkgeIkor - Lo
A = 210 g x| Ju(ry)e™omToqv,

dnr Vo (4.66)
E = Zoﬁ X FLT,

Substituting the current distribution of the electric dipole (4.61)) in the above equation and using
the fact that

Uy X U, = —Ugsinf (4.67)
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leads us to the magnetic field far away from the dipole

jkofolefjkor

= H¢ﬁ¢ - 477

sin ftiy. (4.68)
The corresponding electric field in the far-field region is now given by

jk‘gZoIole Jkor

E = Eyu,
drr

sin Oy, (4.69)
where we have used the following relation
ﬂ:¢ X ﬁr = ﬁg. (470)

The time-average power flux density (Pointing vector) expressed in [W/mQ] is found by using

equation (4.59)), which provides

1 =0

Sp(r) = ﬁ’EIQUr
g ) (4.71)

= EW Sin Qur.

From (4.71]) we can conclude that the electric dipole does not radiate uniformly in all directions.
In the direction along the z-axis (f = 0) the dipole does not radiate al all. The power density
5;(?') decreases as r—2 with increasing distance from the dipole. However, since the total power
radiates through a sphere with radius r and surface 47?2, the total radiated power is independent

of r. The total radiated power by the electric dipole is then found by

P = //5 (7) - @ r2dQ
_ / / 1’“020 Iol sin® 00 (4.72)
7T

kg Zo(Iol)*
127’

where we have used the fact that

T
/ sin® 0 =+ (4.73)
/ 3
As expected, the total power P; does not depend on 7.
Let us now explore some fundamental antenna parameters of the electric dipole. According
to , the normalized radiation pattern is given by

PO.6) _ P(O)
P(w/2,0) P(xw/2)
This pattern is plotted in Fig. The 3-dB beam width of the electric dipole is 90°. The
directivity is the maximum of the directivity function, given in (2.12)) by:

Pl,¢) 3. o
Pjir 3 sin” 6, (4.75)

F(0,¢) = = sin? 4. (4.74)
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180

270

Figure 4.3: Radiation pattern versus 0 of an electric dipole of length I. Note that § = 0° coincides

with the positive z-axis

3
which implies that the directivity is D = 5 Finally, let us determine the input impedance of the
electric dipole. The input impedance of the ideal electric dipole is purely resistive, so Z, = R,.
R, also known as the radiation resistance, can be found by using relation (2.17)). Combining this

with (4.72)) provides:

P, k3 Zol? 9 ( l )2
R, = =2 =80m%(— ) . 4.76
%’IOP 127 m )\0 ( )

The length [ of the dipole is small as compared to the wavelength. For example, let [ = 0.01\q,
which results in an input impedance of R, = 0.082. This imples that the electric dipole has a very
low radiation resistance which will makes it difficult to match to a transmission line since most
commonly used transmission lines have a much higher characteristic impedance (often Z§ = 502).
This will result in a poorly matched antenna and a high corresponding reflection coefficient
at the antenna port. Electric dipoles are only used in very specific applications in which power-
matching is not important. A nice example is low-frequency radio-astronomy [25].

The half-wavelength dipole has much better radiation and matching properties. This type
of antenna will be explored in the next section.

4.4 Thin-wire antennas

In the previous section we found that the radiation resistance of an electric dipole is very small,
which makes it difficult to match to a transmission line. The matching properties can be improved
by increasing the length of the dipole, resulting in a so-called linear wire antenna. This antenna
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consists of a cylindrical metal wire with diameter dg and length 2[, which has a small gap in the
center of the wire to accommodate a balanced feed using a so-called two-wire transmission line,
also known as twin lead or Lecher line. Furthermore, we will assume that the diameter dy of the
wire very small compared to the wavelength dy < Ag. Fig. illustrates the linear wire antenna

connected to a transmission line.

=

Generator

<V

Figure 4.4: Thin (lineair) wire antenna of length 21 connected to a two-wire transmission line.
The center of the wire is located in the origin of the coordinate system. The wire antenna is
directed along the z-axis.

The current distribution along the two-wire transmission line will be sinusoidal, when we
neglect radiation and other losses. The wire antenna can now be interpreted as the last part of an
open-ended two-wire transmission line. The radiation from this folded part of the transmission
line is much larger as compared to the spurious radiation from the transmission line itself. This
is, of course, our aim, since we want to construct an efficient antenna. Nevertheless, the current
distribution along the wire will remain the same (first-order approximation) as the un-folded open-
ended transmission line, so with the sinusoidal current distribution. The current distribution at
the end point of the antenna must be equal to zero. Furthermore, we will assume that the gap
at the center of the wire antenna is negligibly small. With all these assumptions, the current
distribution J, along the wire takes the following form:

J. = 18(2)8(y) sin [ko(1 — |2])] ., (4.77)

for —I < z < [. Lateron in this book we will use numerical methods to determine the exact
current distribution along the wire. It will be shown that (4.77) is an accurate approximation of
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the current along the wire antenna when the diameter of the wire is smaller than \g/100. Some
examples of the current distribution for various lengths of the wire antenna are illustrated in
Fig. The electric field in the far-field region of the wire antenna can be determined using

l
__‘:D_%:T
) DD d g

A2 34,4 ’» 34,2 2,

-«—

 —

-—

Figure 4.5: Current distribution along a thin wire antenna for various lengths according to .
expression (4.60)):

—kg e7kor 2 T
= 0 p— X Uy X Je(ro)ejkou”'deo, (4.78)
Jqweg 4mr Vo

Since the current is directed along the z-axis we can rewrite e%0% 70 into the expression e/f0%0 s,

Furthermore,
Uy X Up X Uy = Upsinb. (4.79)

As a result, we can conclude that the electric field E only has one component, being Eyg. The
radiated field is linearly polarized and takes the following form

l
—k2I —gkor

By = —0l0¢ T g / sin [ko(1 — |20])] €F070 <030 2 (4.80)
Jweg  Amr

—l

As a first step towards a closed-form solution of (4.80]), we will determine the integral by
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dividing it into two parts:

IZO = sin [ko(l _ ‘ZOD] e]kozo cosedzo

0
sin [ko(l — ZO)] eIkozo cosGdZO + /Sin [ko(l + ZO)] eIkozo cos&dzo
-l

Il
oo Ll _

l
sin [k‘o(l — ZO)] e]kozo cosedZO —+ /sin [k;o(l _ ZO)] e—Jkozo cos gdZO
0 (4.81)

= 2 [ sin[ko(l — z0)] cos(kozo cos 0)dzy

o _

! 1
= /sin(k:ol — kozo + kozo cos 0)dzo + /sin(kol — kozo — kozo cos 0)dzy
0 0
2

[cos(kol cos 0) — cos(kol)]
ko sin® 0 '
Substitution of (4.81)) in (4.80]) provides:

—kor kol cos ) — kol
B, :]201062 [cos( ol cos 0) — cos(ko )} .
s

(4.82)

sin 6
Note that Ey does not depend on the ¢ coordinate, which could have been expected as a result of
the symmetry. The corresponding magnetic field is now easily found, since in the far-field region

we have
.E_i == Zﬁr X E

1

= fﬁr X Eg’[[@ (4’83)
A
1

= —uusly.
Zo o0

As a result, only the Hy; component is non zero and is given by

1

0 (4.84)
_ glge7ko Teos(kol cos 0) — cos(kol)}
N 2r sin 0 '

Note that also Hy does not depend on the ¢ coordinate. The Pointing vector (power density in
[W/m?]) is found by using the expression (4.59):

Sp(r) = |E[* @,
(4.85)

Zo|Io|? [cos(kol cos @) — cos(kol)]2 .
87212 sin 6 "
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We will now determine the normalized radiation pattern for several wire antennas with

varying length. The radiation pattern is found by using expression (2.11)).
i. A\o/2 wire antenna.
When 2] = )\y/2 we find that Ej is equal to

eIk Tcos((m/2) cos A)

E@ = jZoI() ) (486)
wr

sin 6

The radiation pattern of the A\o/2 dipole antenna is shown in Fig. Note that the radiation
pattern is quite similar to the radiation pattern of the electric dipole, which is also shown
in the figure. The 3 dB beam width of the \g/2 dipole is 78°, while the beam width of an
electric dipole is 90V.

180

270

Figure 4.6: Radiation pattern versus 6 of an \g/2 wire antenna (full line) and of an electric dipole
(dotted line).

ii. A\g wire antenna.

Now 2] = \g and Fjy is given by

e kor Tcos(mcos @) + 1
27r sin 0

E9 = jZOI() (487)

The corresponding radiation pattern of the A\g antenna is shown in Fig. The 3 dB beam
width is 47°.
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Figure 4.7: Radiation pattern versus 6 of an \g wire antenna (full line) and of an electric dipole
(dotted line).

iii. 3\g/2 wire antenna.

With 20 = 3\g/2 we find that Ejy takes the form:

e kor T cos((37/2) cos @)

Ey = 1701
0 ‘70027r7' sin 0

(4.88)

The corresponding radiation pattern of the 3)\y/2 antenna is shown in Fig. We observe
multiple beams in various directions. In addition, the antenna does not radiate energy in
several other directions (pattern nulls). Although the beam width is much smaller now, the
antenna generates multiple beams, which might not be very useful in most applications.

In order to determine the other antenna parameters of the wire antenna, such as the directivity
and radiation resistance, we first need to calculate the total radiated power P; by integrating the
power density over a sphere according to (2.18)|)

P = / / S, () - @129y

s

Zo|Io|? kol cos ) — cos(kol) 12
_ 2ol 27r/ {COS( of cos8) = cos(kol) 1" 4. pag (4.89)
872 sin 6
2
_ Ll I,
47

A general analytic solution of the integral I, is not easily found. However, in case of a \g/2-wire
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180

Figure 4.8: Radiation pattern versus 6 of an 3\g wire antenna (full line) and of an electric dipole
(dotted line).

antenna we can express the integral I, in terms of the cosine integral. By applying the coordinate

transformation u = cos @ and df = —du/sinf we can write integral I, in the following form

Ip

™ 2

/ [cos(kolcos 0) — cos(kgl)] <in 00
0

+

sin 6
[ cos?(mu/2)
cos*(mu
/[ 1 —u? ]du
21
1 1
17 cos?(mu/2) d +17 cos?(mu/2) p
2 14+u 2 1—wu
21 21
2T

(4.90)

where we have used the substitutions 1+u = t/m and 1 —u = s/7. Furthermore, we have used the
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fact that cos?(z/2) = (1+cosz)/2. The integral can now be expressed in terms of the well-known
cosine integral ci(z)

oo
cost

ci(z) = — / . (4.91)

The cosine integral is well tabulated (for example in the famous book of I. S. Gradsteyn and 1. M.
Ryzhik, “Table of integrals, series and products”, tabel (8.230), [27]) and is a standard function
in Matlab (function cosint). Expression (4.90) now takes the form

27

1 1-—
I - /{ cost} gt
2 t
0

1 .
= 4 (€ +n(2m) — ci(2r)) (4.92)
2437
= 5
where C = 0.577 is Euler’s constant. The total radiation power is now found from:
Zo|Ip|?
P Al
s (4.93)
1
= 731
573110
By using definition (2.17)) of the radiation resistance, we easily find that
R, = 73.14 (4.94)

This suggest that R, is not frequency dependent. However, this is not true, since we have assumed
that the antenna length 21 = A\g/2. Therefore, this antenna is a resonating structure, which implies
that the input impedance is strongly frequency dependent. The resonant wire antenna provides
a purely resistive load R, seen at the center of the wire antenna (see Fig. . In general, the
load impedance at the termination of the two-wire transmission line will take a complex form
according to Z, = R, + 7X,. Only in case of a resonating wire antennas with 2/ = \o/2 and a
small diameter dy < A\, we find a purely resistive load impedance with X, = 0 . The calculation
of the complex input impedance Z, = R, + 3X, of a wire antenna outside resonance is more
complex and can only be done by using numerical techniques such as the Method of Moments. In
chapter [b| we will investigate this numerical method in more detail.

Finally, we can determine the directivity of the \y/2 wire antenna. By using the definition
of the directivity function , we obtain

pi.ey)

max y {72

= - = 1.64. 4.95

P, /Am 73.1|1o|? /2 (4.95)
47

The corresponding directivity expressed in Decibels (10log19D) is Dgp = 2.15 dB, which is slightly
higher than the directivity of the electric dipole D = 1.5 or Dy = 1.76 dB.
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4.5 Wire antenna above a ground plane

Up to now we have assumed that the antenna is located in free space. However, in practise the
antenna will often be placed close to objects, e.g. earth surface or in case of printed antennas
close to a ground plane of the printed-circuit board (PCB). As a result, the radiation properties
and input impedance will change. In this section we will investigate the effect of a perfectly
conducting ground plane on the radiation properties of wire antennas. We will assume that the
horizontally-oriented resonating wire antenna of length 2/ = \g/2 is located above the conducting
ground plane at a height h. The configuration is shown in Fig. In order to solve the antenna

J wire antenna
e
> /
Iy
i

y

Ground plane

; —

h

7 T~

e,image 1mage antenna

Figure 4.9: Thin horizontal wire antenna of length 21 = \o/2 above a perfectly conducting infinite
ground plane. The antenna is situated along the x-azis (y =0).

problem of Fig. we can use the so-called image method. This method is based on the fact
that the tangential component of the electric field E vanishes at the perfectly-conducting ground
plane. Exactly the same effect can be obtained by removing the conducting plate and placing a
second horizontal wire antenna (image antenna) at a distance 2h from the original wire antenna,
as illustrated in Fig. m The current distribution on the image antenna is 180° out of phase with
respect to the current distribution on the original horizontal wire antenna. In this way, we have
defined an equivalent model of the original wire antenna above a ground plane. The equivalent
problem can be easily solved by applying the superposition principle and by using the expressions
found in section 4.4l Note that we have assumed that the current distribution of the resonant
wire antenna is still purely sinusoidal and not affected by the presence of the ground plane.

It is now interesting to investigate the radiation pattern of the horizontal wire antenna
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above a ground plane in more detail in the ¢ = 90%-plane. Note that we had assumed that the
antenna is located along the z-axis. Based on the symmetry in the y — z plane, the radiation
pattern of a wire antenna in free-space would have been independent of the angle 6. The ground
plane makes the antenna #-dependent. Now let E° be the radiated electric field from a wire
antenna in free-space and E' the corresponding radiated electric field of the image antenna. By
applying the superposition principle we obtain the total field in the far-field region as:

E_?tot _ EO+Ei

_ Efree {eykohcose i e—Jkohcose} (496)

= Efmer sin(koh cos ),

where the vector Efree represents the electric field of a horizontal wire antenna in free space and
located at the origin of the coordinate system. The factor 27sin(koh cos ) describes the effect of
the ground plane. The corresponding radiation pattern, normalized to an horizontal wire antenna
in free-space (so ignoring the factor Efree in (4.96))) is now given for the ¢ = 90° plane by:

P(0, ¢ = 90")

Fr(e) = Pfree(9a¢ — 900)

(4.97)
= 4sin’(koh cos8).

The antenna does not radiate energy in the horizontal plane with § = 90°. Fig. [4.10| shows the
radiation pattern versus the height h above the ground plane. The directivity of a horizontal
wire antenna above a ground plane is larger as compared to a wire antenna in free space. This is
directly related to the fact that the antenna does not radiate energy in the half-space below the
ground plane. The directivity depends on the height h and can be up to a factor 4 (6 dB) higher
as compared to a free-space wire antenna. The beam width is also strongly dependent on the
height h (See Fig. In case h = 0.1)¢, the beam width in the ¢ = 90%-plane is fp = 94°.

4.6 Folded dipole

We have previously shown that a basic A\g/2 wire antenna has an input impedance at resonance
of approx. 73Q). A two-wire transmission line (Lecherline or twin-lead) has a somewhat higher
characteristic impedance, for example Z§ = 300Q). As a result a matching circuit would be required
to match the antenna to the transmission line, resulting in additional losses and bandwidth
limitations. By modifying the basic \y/2 wire antenna to the structure of Fig. we can realize
a much higher input impedance. This antenna structure is called folded dipole. It can be shown
that the input impedance of the \g/2 folded dipole is about 4 times higher as compared to the
normal \g/2 wire antenna, so Z;, ~ 4 - 73 = 292Q). The radiation properties of the folded \g/2
dipole are quite similar to the characteristics of a normal A\y/2 dipole.
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270

Figure 4.10: Normalized radiation pattern versus 0 in the ¢ = 90° plane of a horizontal wire
antenna above a perfectly-conducting infinite metal ground plane. A linear scale is used. With

h = 0.1)g full line, h = 0.5\y dotted line and h = Ay line with dotts.

A2

\ Two-wire transmission line

Figure 4.11: Folded \y/2 dipole.

4.7 Loop antennas

The loop antenna consists of a circular thin metal wire with radius a. In this section we will
assume that the current I along the loop is constant, which is only a valid approximation when
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the radius is very small as compared to the wavelength, i.e a < Ag. For larger loop antennas,
this can only be realized by using additional phase-shifters in the loop. Figure shows the
geometry of the loop antenna. The electric current distribution J, can now be represented by:

<Y

Figure 4.12: Loop antenna consisting of a circular thin metal wire with radius a carrying a constant

current Iy. The antenna is situated in the x — y-plane.

To(#) = Iod (,/xg R a) 5(z0) il (4.98)
In chapter we found that the far field can be determined with:

kor

., —9koe™ - -
7 g — Ze i@y x| Jo(i)e T Toqv,,

g Vo (4.99)
Z? = Zz)j? X iZT.

The integration for the loop antenna is carried out over a circle with radius ro = a. We will use
polar coordinates to facilitate the integration. Furthermore

Uy - Ty = [cos¢sin by + sin ¢ sin O, + cos O] - [a cos ¢otly + asin ggiy]
(4.100)

= acos(¢p — ¢g)sinb.
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Substituting this in (4.99) provides

2

o — ke Jkor .

A = %(Ioa)ﬁrx / g 00 COS(9=G0)sin 0 g (4.101)
0

Due to the symmetry of the geometry, we can assume that the fields will not depend on the ¢
coordinate. Therefore we can use ¢ = 0 in . In addition, g, = —u, sin ¢g + Uy cos ¢g. In
the ¢ = 0 plane it is found that @y = @,. We can now divide the integral in into two parts
according to

2w
f(’bo _ /ﬁ¢oe]koacos¢osin0d¢0
0
2 2m
— —ﬁx/Sin¢06jk0acos¢0Sin0d¢0+ﬁy/COS¢08]kOaCOS¢OSin9d¢O (4102)
0 0
2
—_ l_[y/COS¢06]kOaCOS¢OSin0d¢O.
0

The first integral is equal to zero, since the integrand is an odd function with respect to ¢9. The
remaining integral can be analytically solved:

21
I(bo —_ Uy / oS ¢Oe]k()a Cos ¢p sin 9d¢0
0

T
— Qﬁy/COS(Z)Q@JkOaCOS¢OSin9d¢Q
0

w/2
= _za'y / Sin¢0€_]kOaSin¢OSin6d¢0
—7/2
w/2
= Qﬁy / sin ¢ (ejkoasin¢o sinf _ ,—gkoasin ¢o sin@) déo (4103)

0

w/2
= 4]11'y/sin(éosin(koasincbosin@)d(bo
0

= 2myJi(koasin @),
= 2myJi(koasin @),

where J;(2) is the Bessel function of the first kind with order 1 and argument z. Bessel functions
are well tabulated (e.g. [27]) and are available in Matlab and other mathematical tools. Finally,
we obtain the following expression for the magnetic field in the far-field region using i, x iy = —iy:

koalgefjkor

ﬁ = Hypilp = o

Jl(k‘o(lsine). (4.104)



4.7. LOOP ANTENNAS 105

Since iy X iU, = —1g4, we can conclude that the corresponding electric field will only have a ¢
component:
- koaZoIpe I*or
E = Eyiiy = %Jl(k‘oasin 9). (4.105)
r

4.7.1 Small loop antennas: magnetic dipole

A small loop antenna, also known as magnetic dipole, consists of a circular metal wire with radius

a < \p and with a constant current Iy along the loop. We can use expression (4.104)) and (4.105])

to determine the far fields, where we can approximate the Bessel function J;(z) for small argument
z according to
z

()~ (4.106)

By substituting this in (4.104) and (4.105)), we find that the far fields are given by:

B kg(TraQIO)e_JkoT

Hg = sin 6
) 4;”“ ) (4.107)
k2 Zo(ra2Iy)e kor
B, — foZomah)e L,
4mr

The factor ma?ly is also known as the ”"transmitter-moment” and is the product of the current I
and the surface of the loop. Usually it is denoted by m with

m = wa’ly. (4.108)

There is a strong analogy between the fields radiated by a magnetic dipole according to (4.107))
and the fields from the electric dipole, given by (4.68]) and (4.69). The radiation patterns of the
magnetic and electric dipole are exactly the same. Now let us assume that both an electric as well

as an magnetic dipole are located in the origin of our coordinate system. Furthermore, assume
that the electric dipole is oriented along the z-axis and the magnetic dipole is situated in the
xz-y-plane. When we choose the dimensions of both dipoles and current to fulfill the relation

p = —mky, (4.109)
the corresponding electromagnetic field generated by these two sources will fullfill the following
relation

E = ZH. (4.110)

The minus sign in (4.109) indicates that the currents in the electric and magnetic dipoles are 180°
out of phase. When the currents are in phase, i.e. p = mkg, we find the following form of the
radiated electromagnetic field:

E=—37ZH. (4.111)

Electromagnetic fields satisfying (4.110]) or (4.111) have the unique property that the radiated far
fields are circularly polarized in all directions. Using (4.110)) we find that

E, = By, (4.112)



106 CHAPTER 4. ANTENNA THEORY

for all directions (0, ¢). Therefore, we satisfy the relation between Ey and Ey4 as described in
section for a perfectly left-handed circularly-polarized field. Fields that satisfy (4.111) are
right-handed circularly polarized for all directions (6, ¢).

Exercise

Calculate the directivity of a magnetic dipole.

4.7.2 Large loop antennes

The electromagnetic fields in the far-field region of a loop antenna with uniform current distribu-
tion along the loop was already determined in (4.104) and (4.105)). We can use these expressions

to determine the radiation pattern, resulting in

_ PO
FO) = max(P(0))
| J1(koa sin 0)]?

max (| J1 (koasing)[?)’

(4.113)

The shape of the pattern will be similar to the behavior of the Bessel function Ji(z). Fig. [4.13
shows the normalized radiation pattern of a loop antenna with radius a = A\g/20, a = Ag/2,
a = 2)\g, respectively. Note that the direction of maximum radiation moves towards 6 = 0 with
increasing loop radius (check Fig. .

4.8 Magnetic sources

In order to be able to introduce aperture antennas, it is useful to extend Maxwell’s equations,
given by . We will do this by introducing magnetic currents and associated magnetic charge
distributions. Note that both magnetic currents as well as magnetic charges do not exist in the
real-world: both are non-physical quantities.. However, it will help us to introduce several new
electromagnetic concepts in an elegant way. For that purpose, we will introduce the magnetic
current distribution fm(f') and the magnetic charge density p,, (7). When we assume that there
are no clectric currents J,(7) = 0 and electric charges pe(7) = 0, Maxwell’s equations take the
following form in the space-frequency domain:

VxEF) = —wuoH(F) — Jn(P),

(4.114)




4.8. MAGNETIC SOURCES 107

270

Figure 4.13: Normalized radiation pattern versus 6 of a loop antenna with uniform current distri-
bution for various loop dimensions. With a = \g/20 full line, a = X\g/2 dotted line and a = 2\
line with dots.

By combining the first and third equation from (4.114]) we observe that the following continuity
equation yields:

V- T (F) + gwpm(7) = 0. (4.115)

The solution of these equations related to magnetic sources can be found by using a similar
approach as used in section for the case of electric sources. As a first step, we will introduce a
vector potential, in this case the electric vector potential ffm, using the fourth equation in .
As a result, we find that

. 1 .
E=—--VxA,. (4.116)
€0

This gives V x H= —wV x A,,. We can now write H in the form:
H=—jwAy, -V, (4.117)

where ¢,, is (yet) an arbitrarily scalar function. By substituting this relation into the first equation
of (4.114) and using the Lorenz-gauge according to

VA, = — JWEQ O P (4.118)
leads towards the well-known Helmholtz equation for the vector potential /Ym, given by

V2 A, + k2 Ay = —cg . (4.119)
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A similar expression can be found for the scalar potental ¢,, directly from the Lorenz-gauge that
we used. In section[d.I]we solved Helmholtz equation for an arbitrarily electric current distribution
J. by first looking for the solution for an elementary point source. The general solution was then
found by applying the superposition concept, since any electric current distribution J, can be
written as a continuous superposition of point sources. By applying the same strategy here, we
find that the electric vector potential A,, due to an arbitrarily magnetic current distribution Vs
takes the following form:

S €0 I e—kolT—70|
0

where we have assumed that the observation point P, indicated by the vector 7, is located outside
the source region V. The electromagnetic fields outside the source region V; are now found by

. 1 S
E = ——VxA,,
€0 (4.121)
- 1 -
H = V xV x Ap,.
JwWeo o

Similar to section we can determine the electromagnetic fields far away from the sources
(far-field region) by using several approximations. The fields in the far-field region than take the
following form:

_ koeJkor - I
E o= 2 g x| (i)t odv,,
4dmr Vo
. —k3 e~ Ikor - kot 7 4.122
H = b, x iy x| J(fo)e TV, (4.122)
Jwpo 4w Vo

E = Z()It_i X ﬁr,
We again can conclude that the fields in the far-field region locally behave as TEM-waves (E-
field perpendicular to H and perpendicular to the propagation direction ,). The strong analogy
between magnetic and electric sources is known in literature as the duality concept. Always keep
in mind that magnetic currents and charges are mathematical quantities that cannot exist in
nature.

We have now introduced all tools to determine the radiated electromagnetic fields from a
general source, consisting of both electric and (fictive) magnetic currents and charges. We can do

this by using expressions (4.60) and (4.122)) and by applying the superposition principle.

Exercise

In the origin of our coordinate system a magnetic current distribution exist with the following
properties:

T (7o) = Toml(2)8(y)d(2) @, (4.123)
where Iy, is the total magnetic current. Show that the radiated electromagnetic fields due to this
source are identical to the fields due to the magnetic dipole (small loop antenna) as discussed in

section [4.7.1]
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4.9 Lorentz-Larmor theorem

In order to analyze aperture antenna, it is convenient to introduce the Lorentz-Larmor theorem.
This concept defines the electromagnetic relation between two situations A and B. Later in this
section we will show that we can apply this theorem to replace a particular antenna problem,
represented by a source region V' with electric and magnetic (volume-) current distributions fg
and J:Zl, by an equivalent and simpler antenna problem. In literature this concept is also known
as the Equivalence principle [28]. Figure illustrates source region V' bounded by the surface
5. The sources fg and f;‘,‘l generate an electromagnetic field E“ and H® outside source region V.
It will be shown that the same fields outside V® can also be generated by an equivalent electric
surface-current distribution fjs on S* and an equivalent magnetic surface-current distribution
J:‘fw on S where

Jo = i, x H?,

€s

(4.124)
fﬁm = E“xﬁn,

where ), is the normal vector on surface S®. The equivalent sources (4.124]) produce within V¢ an
zero electromagnetic field and outside V' an electromagnetic field equal to the original problem.

Figure 4.14: Source region V® enclosed by the surface S® and source region V' enclosed by surface
Sb. Both regions are located within volume V with corresponding surface S. Within source region
V@ both electric and magnetic current distributions fg and fﬁ@ exist and the corresponding charge
distributions p® and p,. Similar for source region V°.

Intermezzo: derivation of Lorentz-Larmor theorem

The derivation of the Lorentz-Larmor theorem provides interesting insight into the relation
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and electromagnetic interaction between two source regions. As a first step, we will formulate
Maxwell’s equations in the space-frequency domain for situation A where the fields £* and H®
are generated only by the sources in volume V® (see also Fig. |4.14)):

VxE = —jwugH®—J2,

Vx H* = jweE®+ J_g,

(4.125)
v.fe - Pm
to’
V.G = P
€

In situation B, a source distribution Jz’ and J_g’n exist within the volume V? together with the
corresponding charge distributions p? and p? . The fields generated by these sources (so without
the situation A sources) comply to the following Maxwell equations :

VXEb = _]w,uoﬁb_j'gu
Vx H = ]WGOEb + jg,
, (4.126)
v.-B = Im
po’
b
v.E = Le
€0
The divergence of the vector function E®x H® — Eb x H is:
V. [Eaxﬁb—ﬁbxﬁ“] =V- [Ea xﬁb} -V [beﬁ“}. (4.127)
The first term of the right-hand side of equation (4.127)) can be written as
V. {E“xﬁb} = H' VxE®*—E*-VxH®
— b (_]wﬂoﬁa _ jf%) _ fa. (]weoﬁb+ j,f) (4.128)

= —jwuoﬁb -H*— H". fnal —]weoﬁa -E'— E°. jg,

where we have used the vector identity V- (Ax B) = B-V x A— A-V x B. In a similar way, we
can determine the second term in the right-hand side of equation (4.127)) by exchange of a and b

in (1.129):
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Combining (4.128) and (4.129) provides the following result

V. [Box B - B x o] = [B0. Jo - f Jb] - [Be . o —de - ). (1130)
Applying Gauss theorem according to

/V-fde _ /ff-ﬁnds (4.131)
1% S

on the volume V' enclosed by surface S (see Fig. |4.14) provides

[ = B i) s = [ (B0 e~ A0 o]~ [Be- - Ao ) av. (@132)
S Vv

This relation is known as Lorentz’ theorem. In order to derive the Lorentz-Larmor theorem, we
will apply Lorentz’ theorem on several special cases.

i. Volume V encloses the entire free-space V.
The corresponding surface S is now a sphere S, with infinite large radius. The sources
(E“,F[“) and (Eb,ﬁ b) are located within a finite region. At large distances from these
sources we have, according to and , the following relations:

- 1
Ha == 7717‘ X E‘a7
0 (4.133)
. 1. =
HY = Z)uer

Furthermore, for a point with location vector ¥ on the sphere So, we know that u, = u,.
Therefore, the integrand of the left-hand side of expression (4.132) can be written in the

following form

]

E“xﬁb—ﬁbxﬁ“}-ﬁn = {ﬁnxﬁa]- b—[ﬁnxﬁb}-ﬁ“
= {ﬂ’r X E“} CHY — [ﬂr X Eb} - H® (4130
= ZyH® H"— ZyH®- H®

The surface integral in (4.132) will vanish when S = S.,. Therefore, expression (4.132) can
be reduced to

/[ﬁb.@_ﬁb.f;}dvz/[Ea.fg_ﬁa.ﬁn]dv (4.135)
Voo Voo

Although the integration in (4.135) is performed over the entire volume V., it is evident that
the integration can be limited to the (finite) source volume.
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Figure 4.15: Source distribution B is an electric dipole directed towards w, with dipole moment
p=1.

ii.

Source distribution B is an electric dipole.

Assume that our source distribution is an electric dipole with dipole moment p = 1 and
direction u located at 7 outside the source regions. This is illustrated in Fig. We now
obtain

j}v)z = 0,
(4.136)
T = @d(F— ),

where the vector 7 is fixed and 7 variable. When using this relation in (4.135]) we find that

/ iy - E*()0(F — 7o)dVp = / |[Eb() - Je(7) — H (7o) - Jia ()] dVa, (4.137)
Voo =
ity E() = [ [EGo) - Jeo) — () - T ()] Ve (4.138)

In the special case that we only have electric sources within V¢, expression (4.138]) takes the

form:

iy - (7 / Eb(7y) - J2(7)dVp. (4.139)
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It appears that the electric field E“(F) due to source distribution A can be found by deter-
mining the electromagnetic fields of an electric dipole with p = 1 located at 7 with direction
iy and substituting it in the volume integral. By choosing the direction of the dipole i} to be
Uy, Uy and U, respectively, we can determine the Cartesian components of Ea(f’). In section
we have determined the field generated by an electric dipole. Using relation and

(4.30)), we can rewrite (4.139) in the following form

. 1 . .
7, - BO() = / Jo(T0) - Vo X Vo x AL(F,70)dVh, (4.140)
Jweo o
V{L
with

S Ho e—jk0|T—F0|
A = —Up—— 4.141
(1) = 4 17 — 7| (4.141)

Now introduce the variable ¢ according to

1 e kom0l

rry) = ——————. 4.142
We can rewrite (4.140|) into:
— _‘a — 1 _‘a — —
up - E*(F) = JE(T0) » Vi X Vi X tpedVy
Jweo
Va
1 0 .
= /Je (7”0) ' VT X vr X Ub‘PdVO
Jweo
ve (4.143)
1 -
— /ﬁb Vs XV, x A (7)edVe
Jweo
Va
— 1 _’a —
= Uy —V, XV, X /Je (70)dVy,
Jweo
Va
where we have used the relation
Vg X V5 X pp = V. X V. X Upp,
(4.144)

C-V XV Xxupp=1dy -V xV Xcp.

Note that expression (4.143)) is identical to (4.22)) in combination with (4.30). We can deter-

mine H® in a similar way by using an unit magnetic dipole directed along u}; and located at
7, while J& = 0.
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Figure 4.16: All sources are located within volume V.

All sources in volume V.

Consider a volume in which the sources fg, J_;‘il, ﬂg and J_f;l and the corresponding charge
distributions exist, see Fig. [£.16] Outside V, which is the volume V2 = V, — V, no sources
exist. We will again apply Lorentz’ theorem on volume Vo = Voo — V. This volume
is bounded by the surface S5 and by S.. Since there are no sources within Vs, the volume

integral in (4.132)) is equal zero. Therefore, we find that

/){Eaxﬁb—ﬁbxﬁﬂ-mﬂS:O, (4.145)
S2 +Soo

in which #, is the unit vector which is directed outwards from V5. Based on the our findings
in case i), the contribution over Sy, will be zero. As a result (4.145|) will take the form:

!”ﬁxﬁ—ﬁxﬁ-%w:a (4.146)
Sa
Source distribution A in volume V and source distribution B in volume V.
Consider the volume V in which the sources fg, fﬁl and corresponding charge distributions
exist. Outside V', in V1, we find the sources jé’ and J_ﬁl with corresponding charge distributions

(see Fig. [4.17). Outside V + V4 no sources exist. By again applying Lorentz’ theorem (|4.132)
on volume V; provides:

_/[Eaxﬁb_ﬁbxﬁa}.andsz_/[ﬁa.fg_ﬁa.m av (4.147)
S Vi

where we have used relation (4.146]), while the minus-sign in front of the surface integral
accounts for the fact that #,, is directed inwards Vj instead of outwards V;. Assume that
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Figure 4.17: Source distribution A is located in volume V and source distribution B is located in

volume V7.

source distribution B consists of an electric dipole with direction 4, and dipole moment
p = 1. Furthermore assume that J_f’n = 0. This is the same situation as used in case ii). From

(4.147) we arrive at

iy - B(7) = / (B x "] -, — [ x Fi*] - @,d5. (4.148)
S

Using vector relation (A x B) - C = —(A x C) - B finally provides

iy - BO(7) = / ([@n > %] - B>~ [B* x @, - 8) ds. (4.149)
S

With these four special cases, we can make our final last step in the derivation of the Lorentz-
Larmor theorem. For that purpose, we should compare expression and . Both
expressions are derived for the same situation as shown in Fig. Therefore, we can formulate
the following important conclusion:

The sources fg and fﬁl and the corresponding charge distributions within V' generate outside
V' an electromagnetic field E“, H®. The volume V is enclosed by surface S. The fields E_]"’, He
outside V' can also be assumed to be generated by an electric surface current distribution fgs on

S and an magnetic surface current density Ja on S, where

ms

Jo = i, x H,
(4.150)

—

Ips = B Xy
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These equivalent sources generate inside volume V an electromagnetic field equal to zero.

End intermezzo: derivation of Lorentz-Larmor theorem

We can further derive the expression for the electric field at location 7 outside the source

region V' (4.149)) by applying the derived expressions for the dipole fields E® and H®. From 1)
we find that

—— 1 .
Eb(’l‘()) = ——V,, X Vyy X Upp,

Jweo (4.151)
H(7) = Vi, X tipp,

where ¢ is defined in (4.142)). Substitution of(4.151)) in (4.149) provides

. 1 . .
Gy B(7) = —— [ [ x H(0%)] - Vs %V, x liypdS — / [B(05) ] -V, x ilpdS.(4.152)
JWEQ
S

By using the vector relations provided in (4.144)) and relation V,, X iy = —V,p X 1, we obtain

B . 1 .
Fo(7) = ¥, x / [ty % B*(0)] 0dS + ——V, x U, x / i, x Ho(3)] ds. (4.153)
Jweo
S S
with

1 e—JkolF=7ol

=— 4.154
The corresponding magnetic field H 2(7) outside source region V' can be found by placing a mag-
netic dipole of unit strength and direction # at the location indicated by the position vector 7.

From (4.147) we than obtain

iy - B9 = —/ ([Be x 8] @, — [B* x A°] -@,) ds
o (4.155)
=~ [ ([0 x B] -+ [ x ] - ) ds.
S

The (magnetic) dipole fields E? and H® have already been derived in section 1D and are given
by (4.156)). This results in

Eb(FQ) = —meﬁbgp,
(4.156)

—

. 1 .
Hb('l”()) = mvro X VTO X UpPp.
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Substitution of (4.156) in (4.155) results in

. . 1 B
@, HY(7) = / [t x H*(75)| - Vyy x tiyipdS — o [t x B (1) -V X Vry xilyipdS.(4.157)
0
S S

By again applying vector relations we can rewrite (4.157) in the following form

H(7) = V, x / (i, x H (%) | pdS — L v xv / [0 x E*(1%)| ¢dS. (4.158)
. Jw o %

Summary

Assume that the sources J_;, jm and corresponding charge distributions exist within volume V,
enclosed by the surface S, The generated electromagnetic field outside V is then found by:

. . 1 .
B = V,x / [t % E(0)] @dS + ——V, x ¥, x / i, x H(55)] s,
Jweo

s 5 (4.159)
., - 1 _
HF) = V, x / (@ x H(1%)] dS — ——V, x V, x / @ x E(5) | s,

4 JwWio 5

where J_;S = U, X H and fms =E x Uy, are the equivalent electric and magnetic surface current
distribution on the surface S, respectively. When 7 is within volume V we find that

E(f) = 0,
" (4.160)
H( = 0.

This is the Lorentz-Larmor theorem also referred to as equivalence principle

It is now fairly straightforward to derive expressions for the electromagnetic fields far away
from the sources, in the so-called far-field region. The integrand in consists of products
of vector functions and scalar functions, where the vector function does not depend on 7, while
the operator V, x operates only on 7. Formulas with such a structure have been discussed before
in section We concluded that for far-field points 7 the following relations can be used:

V'r X — _]koﬁT ><7
(4.161)
V, X Vex = (—gko)*t, X i, X .
Furthermore, in the far-field region the following approximation can be used:
— gk |7~ — gk
e io\?“_‘f‘ol L€ Jkor Jkois Fo. (4.162)

|7 — 7| r
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Substitution of (4.161) and (4.162) in (4.159) provides the following result

E(M = Wﬁ x / ([@n x EG)] =t x [itn x ZoH(15)]) 0™ 70ds,
. ° (4.163)
- T
Zoﬁ(F) = %ﬁr X / ([ﬁn X Zgﬁ(r_é)] + U, X [a’n X E"(r—é)D IR0t 70 g g
S

This can also be written in a more compact form:

N — ke k0T

B = SR,
g . (4.164)

. —gkge~kor
ZoH(F) = ‘]ETW x Fy ().
with

Fy(@,) = a x / ([@n x EGD)| = @ x [0 x 20H (1%)]) 0™ 70ds. (4.165)

S

The subscript a is used to indicate that the function Fj is found by integrating the fields on the
antenna aperture (= surface S). Note that the following relation also holds in the far-field:

E = ZoH x . (4.166)

The formulas can now be used to determine the radiation properties of arbitrarily-shaped
aperture antennas. A proper choice of the surface S is very important. In the next sections we will
show how S can be chosen in a convenient way for some well-known aperture antenna concept.
In this way, we are able to find an analytic expression of the radiated fields.

4.10 Horn antennas

A well known example of an aperture antenna is the horn antenna as illustrated in Fig. Horn
antennas are available with rectangular, square and circular apertures and are usually fed from
a waveguide. Fig. also shows how we could select the closed surface S with the equivalent
sources in order to apply the Lorentz-Larmor concept as discussed in the previous section. S
consists of two part, namely S, and S.. S, is the actual radiating aperture of the horn antenna,
while S. contains the outer (metallic) surface of the horn antenna and generator. Therefore, all
sources are enclosed by the surface S. We can now make the following assumptions:

e The outer surface of the antenna and the generator are perfectly electric conductors (PEC).
This implies that the tangential electric field along this surface is zero: @, x E = 0 on S..

e The (secondary) currents along the outer surface of the antenna and generator are very
small and can be ignored in our analysis, i.e. i, X H=0onS,.



4.10. HORN ANTENNAS 119

oq
Q
S
g
S
o~
S
~
=
S
3

0
S.
&
=
S
3

Figure 4.18: Ezxample of horn antennas and choice of the enclosed surface S as Sy + Se.
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- - E
Figure 4.19: Rectangular uniform aperture with E, = Foi, and H, = —Z?ﬁw for =5 <z <35

b b
and —35 <y < 3.

As a result, the integration in is limited to S,. As a first-order approximation we will
assume that the aperture fields are uniformly distributed in the z-y plane, as indicated in Fig.
Note that the derivation for the case of a more realistic aperture distribution is quite similar,
although the mathematics are more complex or even require a numerical integration. The fields
of the uniformly illuminated aperture can be described as:

Bu = Bty (4.167)
i, - -y |
a = Zoum

valid for the rectangular region —¢ <z < § and —g <y< %. Furthermore, Fj is a constant and
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we have assumed that the characteristic impedance is equal to Zy. The equivalent electric and

magnetic surface currents on S, are now given by

Jms = B4 x i, = Eyily X @i, = Eyils,

(4.168)
- . = Ey, Ey
Jes = Up x Hy, = —Z—Ouz X Uy = —Z—Ouy.

We can calculate the electric field in the far-field region by applying expression (4.163)) on aperture
S =5,. We now find

_ — gkge~Ikor s 7 7 T
E(F‘) = 47’&} X / / (—Jms — Zoty X Jes) ejkour-TdeOdyo
mr
a2 (4.169)
—gkor , >
Jkoe 70" (L )

4rr

where the integrals Ly, and Ee are given by
a/2 b/2
I_:m = / / Uy X jms(F())e]koﬂr'Fodxodyo,

—a/2 —b/2
s (4.170)

ZO / / ﬁr X ﬁr X j;s(Fo)ejkoﬁT'Fodﬁodyo.
—a/2 —b/2

!
®
I

We can determine the integrals easily by writing the in- and outer-products in (4.170]) in terms
of spherical coordinates (r,0, ¢):

Uy X Uy = Uy X (g cosfcosd — iigsin ¢) = 1y cos O cos ¢ + g sin ¢,
Up X Up X Uy = —1pcoslsing — iy cos e,

(4.171)
iy - T = (Uzxo + Uyyo) - (Uy sin b cos ¢ + U, sin O sin ¢ + U, cos b))

= xpsinfcos ¢ + ygsinfsin ¢ = zou + Yo,

with v = sin f cos ¢ and v = sin @ sin ¢. Substitution of (4.171]) and (4.168)) in (4.170) provides for
the first integral Lo,

a/2 b/2
L, = Eo (tg cos b cos ¢ + g sin ) / / e]ko(x°“+y°”)dmodyo,
—a/2 —b/2 (4.172)

Salsr s

= abEy (g cos b cos ¢ + Uy sin @) {
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where we have used the well-known integral

:/: ePrde = a [Smﬁ(f%m} . (4.173)

Similarly, we can determine the integral L. as

L. = abBo(icosOsing + iy cos ) [sin(k‘oau/Q)} [sin(kobv/2)] . (4.174)

koau/2 kobu /2

Finally, by substituting (4.174]) and (4.172)) in (4.169) we obtain the following expression for the
electric field in the far-field region of the horn antenna

EF) = M (Em_|_fe)

47r

koabEge %o
— % [ty cos Pp(cos @ + 1) + g sin ¢(cos O + 1)] {
7T

sin(koau/2)} [sin(kgbv/2)
koau/2 kobv/2

= FEytp + E¢’LT¢.

We can observe that E has two components, Fygtiy and Egis. In the principle planes of the
antenna, i.e. the ¢ = 0 plane (H-plane) and ¢ = 7/2 plane (E-plane), one of both components is
equal to zero. The magnetic field H in the far-field region is easily found by using the far-field
relation E = ZoH x 1. The radiation pattern is determined according to the approach in chapter
by using relation (2.9) up to . The resulting normalized radiation pattern then takes the
following form:

_ |E9(97 ¢)|2 + ’E¢(07¢)|2
| E9(0,0)[? +[E4(0,0)*”

F(0,9) (4.176)

The corresponding half-power beam width is given by 0y p = 2 arcsin(0.433)\¢/a) in the H-plane
and Ogp = 2arcsin(0.433)\g/b) in the E-plane, respectively. When the dimension of the horn
increases, the beam width decreases, so the antenna will become more directive. The directivity
is found from D = 47r§—3. Fig. shows the three-dimensional radiation pattern in [dB] for a
uniform aperture with dimensions a = 4\g and b = 2)g. The corresponding cross section in the
¢ = 0 plane (v = 0) is illustrated in Fig. The first sidelobe has a peak at —13.26 dB w.r.t.
the main lobe. The 3-dB beam width in the ¢ = 0 plane of this aperture antenna is O p = 12.4°
and the directivity D = 20 dBi.

4.11 Reflector antennas

Reflector antennas can take many shapes, e.g. parabolic, spherical or cylindrical. The parabolic
reflector antennas is the most commonly used type. Reflector antennas provide a large antenna
gain and associated effective antenna aperture, which makes them very suited for long-range
wireless applications, such as satellite communication, point-to-point (PtP) backhauling and long-
range radar. The parabolic reflector antenna is fed by a small antenna element(feed), such as

] (4.175)
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Uniform rectangular aperture, a=4)\( and b=2);
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Figure 4.20: Three-dimensional normalized radiation pattern versus (0, ¢) of a uniform aperture
with dimensions a = 4y and b = 2)\g. All values are in dB.
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Figure 4.21: Cross section in the ¢ = 0 plane (H-plane) of the normalized radiation pattern versus
0 of a uniform aperture with dimensions a = 4\g and b = 2)\g. All values are in dB. The 8 dB
beam width in this plane is Oy p = 2arcsin(0.433)\g/a) = 12.4° and directivity D = 20 dBi.

a dipole antenna or horn antenna. The feed is placed in the focal point of the reflector and
illuminates the reflector. As a result of this, electric currents are generated on the metal reflector
surface. These currents generate the scattered field of the reflector. Fig. [1.22]shows an illustration
of the parabolic reflector and feed antenna. The electromagnetic field in the far-field region can
be determined using equation . In this case, we will choose S = S, + S, as indicated in
Fig. [f.22h. The sources of the scattered field are now all located within the surface S. We will
assume that the reflector is made of a perfectly-conducting metallic material. Furthermore, we
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~__
—

Feed antenna

F —

Feed antenna

Parabolic reflector Parabolic reflector

Figure 4.22: Parabolic reflector (cross section) with feed placed in the focal point. (a) The choice
of the surface S, according to the aperture method, (b) surface S, is selected according to the
current-integration method..

will ignore the currents flowing on the back side of the reflector. As a result

=11

Up X B = on Sg,

(4.177)

Up X H=0 on S,

Therefore, we can limit the integration in to the aperture S,. The radiation pattern of
the feed antenna located in the focal point F' determines the field distribution over the aperture
plane S,. This method is known as the aperture method. However, it is also possible to select the
surface S as indicated in Fig. . In this case we find that @, x E = 0 on S,, and as a result
(4.163) reduces to

gkoe=kor

E(R) = TR TR / (16 % ZoHa(15)] 070 dS, (4.178)

S

47r

The magnetic field in the aperture I:_ia on S, can be easily determined from the radiation charac-
teristics of the feed antenna located in the focal point F'. This method is known as the current
integration method.

In this section we will use the apeture method to determine the radiation characteristics
of a parabolic reflector antenna. Now consider the configuration of Fig. The reflector has
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Parabolic reflector

Figure 4.23: Circularly-symmetric parabolic reflector with feed located in the focal point. The
radius of the circularly symmetric aperture is a = D /2.

a diameter D = 2a. A feed antenna is located in the focal point F. Since the feed antenna is
relative small (typically 0.5Ag — 4Xo), a point A on the reflector will be located in the far-field

reg%on of the feed antenna, that is the distance between the feed and the reflector is larger than
2;;, with L the largest dimension of the feed antenna. In the far-field region of the feed antenna,
the equi-phase phase front is spherical. Perpendicular to these planes, we can define so-called
rays directed along the Pointing vector. Now assume that a ray that originates from the feed hits
the reflector at point A on the reflector surface, as indicated in Fig. We will assume that
the reflector at point A is locally flat. Furthermore, the incident wave at point A is locally flat as
well, represented as a plane wave. As a result, we can use the well-known reflection rules which
yield for a plane wave incident on a large and perfectly-conduction flat plate. This provides us
the field in point B, see Fig. In this way, we can determine the fields in the aperture S,.
The radiation characteristics of the feed antenna have a very large impact on the final radiation
characteristics of the reflector antenna. In many applications the feed is designed in such a way
that the edges of the reflector are less illuminated as compared to the center region. This is called

amplitude tapering.

For the sake of simplicity, we will first assume that the feed antenna provides a uniform
illumination of the aperture S,. Now let the incident electric field E; coincide with the z-direction
and the magnetic field H; with the y-direction, as illustrated in Fig. In a circular-symmetric
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aperture, we then have the following field distribution:

Ea = E()ﬁxv ( )
4.179

ZoH, = Eyiiy,

where Ejy is a constant. The electric field in a point P far away from the aperture, can be
calculated by using expresion (4.163))

ﬁ —gkge ko L= L. = -
B = %u x / ([@0 % Ea(r0)] = it x [0 x ZoHa(5)]) ™0™ 7dS.  (4.180)
Sa

We have already shown in section that the electric field E in the far-field region only has two
components: Fy and Ey4. Therefore, we can express i, x [ﬁn X Eq(70) — Uy X Uy X ZoHa(r'é)} in
the following form:

M = Urx[a’ana—UrxﬁanoHa]

= Byily x [ily X il — iy X il X iy (4.181)

= Ep(1 4 cosb) (tigsin ¢ — tigcos @) .

Furthermore, the inner product (7 - %,) can be written in polar coordinates according to
Uy - 7o = 79 sin 0 cos(¢ — ¢o). (4.182)

The electric field in the far-field region then takes the following form

21 a

(1 + cos 9) (ﬁ¢ Singb - ﬁg COS (;5) / / E’Qe]kmn0 sin@cos(¢>—¢>g)7_0d,r0d¢0' (4.183)
0 0

_]koe—]k(ﬂ“

B =
(") 47r
Since we have assumed a uniform aperture illumination, Ej is constant and can be put outside
the integral. The ¢ integral can be expressed in terms of a Bessel function according to

27
/e]koro sin@cos(¢—¢o)d¢0 = 27 Jo(korosin ), (4.184)
0

where Jy is the Bessel function of the first kind with order zero. The remaining integration w.r.t.

ro can now be expressen in closed-form as:

a 1
/Jo(k‘oro sin @)rodrg = aQ/Jo(koapsiHG)pdp
0 0 (4.185)
o2 J1(koasin0)

koasin 6
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where Jq is the Bessel function of the first kind with order one. Inserting this in (4.183)) provides

N o koasin 0
By = 29RoBe™ | 56) cos p L koS0
2r koa sin 6 (4.186)
2 —kor .
—1a°koEge 70 ., Ji(koasin @)
Ey, = 1 0 _
¢ 2r (1+cosf)sing koa sin 6

The radiation pattern is found by using relations (2.9)- (2.11)):

| Eo(0, 9)|? + | Es(0, )
[E9(0,0)? + [E(0,0)[?

Ji(koasin ) } 2
koasin 6

FH) =
(4.187)

= (1+cosf)? {

Ji(z
Note that we used the relation lim 1(2)
x—0 z

in case of a uniformly-illuminated aperture with a diameter D = 2a = 4\g. The cross section
in the ¢ = O-plane is shown in Fig. The first sidelobe is found at a level of —17.6 dB w.r.t.
the main beam and the 3-dB beam width is Op = 1.02)\g/(2a) = 14.6°. The beam width scales
directly with the size of the reflector: the larger D, the smaller the beam width. Note that the
first sidelobe of a circular aperture is lower than the first sidelobe of a rectangular aperture (-17.6
dB versus -13.3 dB).

1
=3 The radiation pattern (in [dB]) is shown in Fig.

Uniform circular aperture, D=2a=4)\0
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Figure 4.24: Three-dimensional radiation pattern versus (6, ¢) of a parabolic reflector with uniform
aperture illumination with diameter D = 2a = 4)\g. All values are in dB.

Up to now, we have assumed a uniform illumination of the aperture: we have assumed
Ey to be constant over the aperture surface S,. The drawback of a uniform distribution is the
relative high first sidelobe level of -17.6 dB. We will now extend our analysis to a more general
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Uniform circular aperture, D=2a=4)\0
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Figure 4.25: Radiation pattern in the ¢ = 0-plane 8 of a parabolic reflector with uniform aperture
lumination with diameter D = 2a = 4)\g. All values are in dB. The 3 dB beam width in this
plane is Ogp = 1.02)/(2a) = 14.6°

aperture distribution. For that purpose, we will assume that the aperture distribution on S, can
be expressed in the following form:

Eu(ro) = W(ro)is, (4.188)

ZoHu(ro) = W(ro)i,,
with aperture distribution (or weighting) function given by

p

W (ro) = Eq [1 - (2’)21 . (4.189)

The specific case p = 0, which provides a uniform illumination, is already discussed in this
section. For other valus of p we have to return to expression (4.183) and replace Ey by the
aperture distribution function W (rg). This provides us with the following integral

a 27 0P
/ W (rg)eoroiin) 4 — [ / / [1 _ (72) ] ehorosin 0 cos(=00) g1 iy (4.190)
Sa 0 0

The ¢g integration is done in a similar way as in (4.184)). As a result we obtain the following
integral along r¢:

a 2P
27TEO/ |}— (TO) ] Jo(k‘o?"o sin@)rodrg. (4191)
a
0
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Substituting p = r¢/a and u, = kga sin € results in

1

27ra2E0/ [1 - pQ}p Jo(uap)pdp. (4.192)
0

This integral can be expressed in terms of a Bessel function by applying the integral of Sonine
(see [29], p.373)

w/2

v+1
/ Jyu(zsin 0) sin”*! 0 cos® T 9df), (4.193)

z
Jyrvr1(z) = 2T, (v +1)
Here I'y is the Gamma function [27] for which I'(p + 1) = p!. Now let u =0, v = p, z = u, and
sinf = p. We then find

Ipt1(Ua) 1 / 217
= ap) |1 — dp. 4.194
ug—i—l 2p]_‘\f(p+ 1) J JO(U’ p) |: p ] pap ( 9 )

As a result, the integral takes the form

J, a
/ W (ro)e*0 o) 4§ — 2742 Ey2Pp! p;;ff ). (4.195)
Sa

The electric field in the far-field region is now easily found by inserting (4.195)) in (4.183)). Some
calculated results are summarized in table 4.1l From this table we can conclude that the uniform
illumination (p = 0) provides the highest directivity and antenna gain. However, the first sidelobe
level is relative high. By using a weighted aperture distribution (tapering), we can reduce the

sidelobe level at the expense of a reduced directivity and corresponding efficiency, which is as low
as 44% for p = 2. The requirements for a particular application will determine the optimal shape
of the aperture distribution function W (ry).

Antenna parameter p=20 p=1 p=2
A A A
3-dB beam width in degrees 29.222 36.422 42122
a a a
. : Ao Ao Ao
Beam width between zeros in degrees | 69.9— 93.4— 116.3—
a a a
First sidelobe level [dB] -17.6 -24.6 -30.6
2ma\ 2 2ma\ 2ma\
Directivity (;)“) 075( ;Toa) O56< ;;“)

Table 4.1: Ouerview of the most relevant antenna parameters as a function of the order p of the
aperture distribution function W = Eq [1 — (ro/a)2]p in case of a parabolic reflector antenna with
diameter D = 2a.
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4.12 Microstrip antennas

Microstrip antennas, also known as patch antennas or printed antennas are resonant antennas
which can be realized on printed-circuit boards (PCBs). In order to determine the radiation
properties of microstrip antennas, we can use the same method as used for aperture antennas
in the previous sections. Microstrip antennas can take many forms and shapes. We will limit
ourselves to some basic structures. Fig. shows the side- and top-view of a rectangular and
circular microstrip antenna fed by a coaxial cable. The inner conductor of the coaxial feed is
connected to the metal patch and the outer conductor is connected to the ground plane. The
dielectric substrate has a thickness h and dielectric constant €,.. The dielectric losses are indicated
by the loss tangent tand and will be neglected here. Microstrip antennas can be manufactured
with standard PCB etching techniques to realize printed copper structures with accuracies well
below 100um. The patch can also be fed by a microstrip line or by using a resonant slot in the
ground plane.

patch
/
& h
/v 1 I
ground plane \ coax feed
®
a) Side view and top view of rectangular microstrip antenna b) Circular microstrip antenna

Figure 4.26: Rectangular and circular microstrip antenna fed by a coazial cable. The metallic
patch is printed on a substrate with permittivity e, .

In literature, various models have been introduced to determine the radiation properties of
microstrip antennas, including analytical models such as the cavity model and transmission line
model, and numerical models such as the method of moments (MoM)[3]. In this section we will
explore the cavity model in more detail for the case of a circular microstrip antenna as illustrated
in Fig. We will assume that all metal surfaces (patch and ground plane) are perfect electric
conductors (PEC). Furthermore, we will assume that the thickness of the substrate h is very thin
as compared to the wavelength, i.e. h < Ag. We will use cylindrical coordinates with (p, ¢, z)
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to describe the antenna configuration. With these assumptions, we can introduce the following
simplifications:

i. The electric field will be concentrated between the circular patch and the ground plane within
a cylinder with radius a and height A. This cylinder is called cavity. The cavity is filled with
a homogeneous diectric material with permittivity e,.

ii. Due to the small thickness of the substrate, the fields within the cavity will not depend on
the z-coordinate.

iii. The electric field has only a component in the z direction, so E = E,ii,.

iv. The current distribution .J, along the edge p = a of the circular patch will be directed parallel
to the edge of the patch. This implies that the magnetic field given by H =1, x J_;, will be
perpendicular to the side walls of the cavity, so i, X H = 0. Note that @, is the normal on
the side walls of the cavity.

With these assumptions, our problem is reduced to a cavity structure with the following boundary

conditions:
Uy, X H=0 on the sidewalls
(4.196)
iy x E=0 on the top and bottom side of the cavity,

where 1, is the normal vector on the surface under consideration. Since F will only have a z-
component, we can express the condition that @, x H = 0 when p = a in terms of a condition for
E., since

V x E. (4.197)

As a result, we can express the components of the magnetic field in the following form:

-1 10F
H, = ===,
Jwpo p 09 (4.198)
1 OF
H, = =,
Jwio Op

Apparantly, on the side walls the following condition holds

OB, _ 0, when p = a. (4.199)
dp

Inside the cavity, we can derive the Helmholtz equation for the electric field E = E.i, by using
Maxwell’s equations for a source-free region (4.5). We now obtain

—

V2E + k*E =0, (4.200)
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where k = ko,/€, represents the wave number in the substrate. The Helmholtz equation in

E.
cylindrical coordinates then takes the following form (with 0 =0)

0z
0’E, 10E, 10°E
fp o2y S kKB, =0, 4.201
ap2+p8p+p28¢2+ ( )
The solution of this second-order differential equation is
E. = EyJy(kp) cos(ne), (4.202)

where J,,(kp) is the Bessel function of the first kind with order n and Ej is a constant which is
determined by the applied voltage at the feed point. The other field components are given by

n

Hp = EOJn(kp) Sin(n¢)7
Jwpop (4.203)
ko 0Ju(kp)
H, = E cos(no).
¢ o dp (n)

All other field components are zero, so E, = E4 = H, = 0. The side wall of the cavity acts as a
magnetic wall with @, x H=0or Hy = 0. This provides us the resonance condition:

0Jy(ka)
—=0. 4.204
p (4.204)
. 0Jp(ka) : : : .
Since 5, has multiple zeros for a particular values of n, we will find multiple resonance
I
. . : 0Jy(ka)
frequencies for a given radius a and n. Now let K,,, be the m-th zero of 5, Table
p

[4.2] summarizes a number of zeros with corresponding values of ka. The resonance frequency
corresponding to a particular mode can be determined from the following equation

2rf

ka = era = Kpym, (4.205)

resulting in
_ Kpme
C 2man/e,

The mode with (n,m) = (1,1) provides the lowest resonance frequency for a particular radius a

Jnm (4.206)

of the circular patch. Note that the cavity model does not account for fringing fields at the edges
of the cavity. These fringing fields will slightly change the resonance frequency. This effect can
be included in formula by introducing an effective radius a.. Closed-form expressions for
ae can be found in literature [30]-[31]:

ae = a\/l 4 2h [m (m) + 1.7726]. (4.207)

TaeE, 2h

Near resonance it is quite easy to match the input impedance of a microstrip antennas to
a transmission line, such as a 50§ coax cable. The bandwidth of microstrip antennas (defined
as the frequency band over which the antenna can be matched to a transmission line with a
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Mode (n,m) | zero ka
0,1 0
1,1 1.841
2,1 3.054
0,2 3.832
3,1 4.201
4,1 5.317
1,2 5.331
5,1 6.416

Table 4.2: Zeros of &]g(fa)

characteristic impedance Zj) strongly depends on the electrical thickness of the substrate. An
accurate estimation of the input impedance of microstrip antennas can be best obtained using
numerical methods, such as the Method-of-Moments (MoM), see also chapter 5. Fig. m shows
the realized bandwidth of a coax-fed microstrip antenna versus electrical thickness, according to
MoM simulation from [3]. A larger bandwidth can be obtained by using stacked patches [3] or by
using a resonant slot feed in the ground plane.

The radiation properties of microstrip antennas can be easily determined by using the
aperture method according to the Lorentz-Larmor theorem. We will select the surface S as
Sp + Sq + 84, where S), is the patch, S, the side wall of the cavity and S, the ground plane. We
can also apply the image principle (see section in order to account for the ground plane. At
the side wall of the cavity we then obtain the following magnetic current distribution

jms = 2F x Uy = 2E 10y when p=a and 0 < z < h. (4.208)
As a result, we find that the field components Ey and Ey in the far-field region are given by

"hako EoJ, (ka)e 7"
Ey = 7" hakoEoJn(ka)e cosng [Jnt1(koasing) — J,—1(koasinb)],

2r (4.209)

"hakoEoJy (ka)e ko
Ey = J 1ako 027"( ae cos O sinne [J41(koasin @) + J,—1(koasin6)],
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Figure 4.27: Bandwidth of a single-layer microstrip antennas versus electrical height of the dielec-

tric substrate.

where we have assumed that the patch is fed by a transmission line in the ¢ = 0 plane. For the
fundamental mode with (n,m) = (1,1) we obtain:

ghakoEoJy (ka)e 7%or

Ey = cos ¢ [Ja(koasin ) — Jo(koasinh)],
2r ) (4.210)
—gkor
E, = ‘]hakOEOJ; (ka)e cos fsin ¢ [Ja(koasin @) + Jo(koasin )] .
r

Fig. shows the radiation pattern in the ¢ = 0° plane and the ¢ = 90° plane of a circular
microstrip antenna operating in the (n,m) = (1,1)-mode and resonating at f = 12 GHz. The
radius of the patch is @ = 4.6mm and substrate permittivity €, = 2.56. The 3-dB beam width is
104Y in the ¢ = 0Y plane and 80° in the ¢ = 90° plane. Due to its omni-directional character,
microstrip antennas are very usefull in phased-array antennas that require wide-scan electronic
beamforming.
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Circular Microstrip Antenna, a=4.6mm, f=12GHz, ar:2.56
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Figure 4.28: Radiation pattern of a circular microstrip antenna printed on an electrically thin

substrate in the ¢ = 0 plane and ¢ = 90°-plane.

The antenna operates in the fundamental

(n,m) = (1,1)-mode at f = 12 GHz. The radius of the patch a = 4.6 mm and €, = 2.56. All

values are plotted in dB.



Chapter 5

Numerical electromagnetic analysis

In chapter 4| we have determined the radiation characteristics of several antenna types with a given
electric and/or magnetic current distribution. In section we have investigated wire antennas,
where we assumed a sinusoidal current distribution along the wire. When the antenna is operated
close to its resonance, this will be a very good approximation of the real current distribution.
However, at other frequencies the current distribution will be different. In general, it is not easy
(or not possible) to derive an accurate analytic description of the currents on antenna structures,
even not for a fairly simple \y/2 dipole (wire) antenna. For that purpose, antenna designers
use numerical methods to determine the current distribution on the antenna structure. Several
numerical approaches are described in literature, including the Finite-Element-Method (FEM),
Finite-Difference-Time-Domain (FDTD) and the Method-of-Moments (MoM), see for example in
[32]. One of the more common methods for antenna analysis is MoM, which is implemented in
several commercial microwave and antenna design tools, for example in Momentum which is part
of the EDA tool Advanced Design System (ADS) [33]. In this section we will show in a step-by-
step approach how MoM can be used to determine the current distribution on a cylindrical wire

antenna.

5.1 Method of moments (MoM)

The method of moments is a general numerical procedure for solving integral equations. One
of the first books which describes MoM for electromagnetic problems is the book of Harrington
[34]. In this section we will illustrate how MoM can be used to determine the current distribution
along a simple cylindrical wire antenna. Note that MoM can also be used to determine equivalent
magnetic currents. The following step-wise approach is used:

e determine the integral equation of the antenna problem at hand,

e discretize the antenna structure in small segments (also known as sub-domains),

e derive the matrix equation for the (still) unknown current distribution along the antenna,
e calculate the elements of the matrix and solve the matrix equation.

135
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Now consider the cylindrical wire antenna in free space as illustrated in Fig. [5.1] The antenna
is symmetrically oriented along the z-axis with length 2/ and diameter 2a. The antenna is fed
in the center at z = 0. This is exactly the same structure as discussed in section [£.4 We will

Figure 5.1: FElectrically-thin cylindrical wire antenna of length 21 and diameter 2a. The center of
the wire is located at the origin of the coordinate system and is oriented along the z-axis.

assume that the diameter of the wire is much smaller than the wavelength, so 2a < A\g. Therefore,
we can ignore electric currents at the end surfaces of the cylinder, and as a result, the electric
current distribution will only have a component along the z-axis, i.e. J = J.@.. Note that we
have removed the subscript e in J in order to simplify the notation in the rest of this section.
The antenna configuration of Fig. [5.1] imposes two boundary conditions:

i The tangential field at the perfectly-conducting cylinder with diameter 2a has to be equal to
ZEro.

ii The current at both ends of the cylinder is zero.

In our MoM approach we will only apply the first boundary condition directly. This boundary
condition can be describes as

Uy x EPUF) = 1T, x (E(F) + E°(7F)) =0, 7eSo, (5.1)

where the surface Sy is the outer surface of the cylinder and where £¢(7) and £%(7) are the
excitation field and the scattered field, respectively. Furthermore, #,, is the normal vector on
the metal cylinder. The scattered field is the field due to the induced currents on the wire
antenna. The excitation field is the field induced by the voltage source which is connected to the
differential port at the center of the antenna. The scattered field can be expressed in terms of
the (yet) unknown electric current distribution J and the free-space Greens’ function G(7, 1) by
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using expressions , and from chapter 4l In case the antenna is not located in
free-space, i.e. in case of a microstrip antenna, we can still use the proposed approach. However,
the Greens function will be more complicated, see for example in [3] for the case of multi-layer
microstrip antennas. For our free-space configuration of Fig. we can express equation in
the following form:

@, x E’ex(f') = i, X ]wuo/ G(7,70) To)dSo

i, (7”“0 v. / / G(F )dSO) FeSp.

Integral equation ([5.2]) can be solved numerically by using the method of moments. The first

(5.2)

step is the expansion of the yet unknown current distribution J on the wire antenna in expansion

functions according to

J(x,y,2 ZI In(2,y, 2), (5.3)

where I, are the mode coefficients which we need to determine. The expansion functions J_;L(.r, Y, 2)
are also called basis functies and can take many forms. When we want to have an exact solution
of the surface current distribution f, we need to use an infinite summation in . In addition,
the set of basis functions need to be complete in the sense that all physical effects are included.
In practice we will limit the summation in to a maximum number of basis functions of
n = Npaz. In this way, we can approximate the exact solution with a limited computational
effort. There are many types of basis functions. We can subdivide them into two main categories,
that is in global basis functions and local basis functions. Global basis functions are non-zero over
the entire domain, in our example over the entire cylindrical wire, whereas local basis functions are
only non-zero over a very small part of the entire domain. For that reason, local basis functions
are also known as sub-domain basis functies. Two examples of sub-domain basis functions are
shown in Fig. where piece-wise constant (PWC) and overlapping piece-wise linear (PWL)
basis functions are shown that approximate a particular function.

When using Np.q. basis functions to describe the yet unknown current distribution on the
antenna, we obtain

Nmaa:

J(z,y,2) = anjm(x,y,z). (5.4)

The scattered electric field Es(x, y, z) can be written in terms of the current distribution J (x,y,2)

E*(2,y,2) = L{J(x,y,2)}, (5.5)
where L is a linear operator. By combining (5.5)) and (5.4)) we obtain

Nmaz Nmaz
E*(z,y,2) ZIL{ny, }—ZIExy,) (5.6)
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Piece-wise constant (PWC) basis functions Piece-wise linear (PWL) basis functions

\‘ i i i i i | \ T T I \

Zy z; z, z3 z, z5 2, z; z, z3 zy zs

Figure 5.2: Piece-wise constant (PWC) and Piece wise linear (PWL) approximation of a function.

Substitution of the expansion (5.6)) in equation (/5.1)) provides

lel.’l)
Up X ( Z I E;(x,y,z)+ Eem(x,y,z)> =0 , (5.7)
n=1

on the outer surface Sy of the wire antenna. Let us now introduce the residue R according to

Nmaz
R(z,y,2) = @, x < Z I.E(z,y,2) + Eex(:c,y,z)> . (5.8)
n=1

This residue has to be zero over the entire outer surface of the wire antenna. We will relax this
requirement by weighting the residue to zero with respect to some weighting functions J,,(x,y, 2),
such that

(B T = //S R(w,y,2) - Jn(,y,2) dS =0 | (5.9)

for m = 1,2..., Nppaz, Where S, represents the surface on which the weighting function T is
nonzero. The set of weighting functions Jo, is also known as a set of test functions. Often the
set of test functions is the same as the set of expansion functions in (5.3|). This particular choice
is called the Galerkin’s method [28]. Inserting in provides the following set of Njq.

linear equations
Nm(mt - . . B
> In // Ey(2,y,2) - Jm(w,y, 2) dS + // E(2,y, 2) - Jin(x,y,2) dS = 0, (5.10)
n=1 Sm Sm
for m =1,2..., Njpar. We can write this set of linear equations in a more compact form:

N’ITLGZ
> 5InZpn + ViE =0, (5.11)

n=1
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for m = 1,2..., Njpaz. In matrix notation we now obtain:
[Z][1] + [V**] = [0], (5.12)

where the elements of the matrix [Z] and the elements of the excitation vector [V *] are given by

= [ Exw.p.2)- Tuw.y.z) ds.
_ (5.13)
Vi = [[ Et@y2) Tuy.2) ds.
Sm

The matrix [Z] includes Ny X Npao elements, [I] is a vector with N4, unknown mode coeffi-
cients and [V¢*] is the excitation vector with Ny,q, elements. The matrix equation can be
solved rather easily by using standard numerical linear-algebra routines such as those available in
MATLAB. In practise it will turn out that the largest computational effort is claimed for the cal-
culation of the elements of the matrix [Z]. After matrix equation has been solved, we obtain
a solution for the mode coefficients and we can find an approximation of the current distribution
J on the antenna surface by inserting the mode coefficients in expression . Once the current
distribution is known, we can calculated the far-field pattern and other antenna characteristics
by using the concepts from chapters [2| and

The elements of the matrix [Z] can be found by using the expression for E* as applied in

(5.2), which results in:

:// [ Jwﬂo/ G(7, 70) Jn (20, Y0, 20)dSo
Sm (5.14)

-V (jwuov / G T TO)j;l(xmyO)ZO)dSO)] : jm($,y,2) dS?
Sn

In general it will not be possible to find an analytic expression for the elements of [Z]. We will
need to use numerical methods. Note that, depending on the particular antenna structure under
investigation, several numerical problems (e.g. singularities) might occur while evaluating .
More on this can be found in [32] and other literature.

We will now return to our example, the cylindrical wire antenna as illustrated in Fig.
Since we have assumed that the diameter 2a < \g, the electric current distribution will only have
a component along the z-axis, i.e. J = J.u,. Therefore, the expansion and test functions will
only have a component in the z direction, so fm = J.mtU,. We can now write an element of the
matrix [Z] in the following form

1
Znn = ]w,uo/< 12 0 2> /G 2,20)Jen(20)d20 Jam (2) dz

(5.15)
= —]w,uo// (1 + k28 2) G(z,20)Jan(20)dzo T om (2) dz
where the Green’s function G(z, zp) is given by
efjkORa
G(z,20) = (5.16)

ATR, '
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with

R, =/a®+ (z — 20)2. (5.17)

Note that R, is nonzero for z = zy. This is the result of our choice (in fact approximation) to
define the expansion function on the outer cylindrical surface (p = a) of the wire antenna, whereas
the test functions are defined along the axis of the wire antenna (p = 0). In this way, we avoid a
singularity of the Green’s function G(z, z9) at z = zp. The integral equation for the wire antenna
that leads towards expression for Z,, is known as the Pocklington integral equation. Next
to this equation, we can also derive an alternative integral equation, known as the Hallén integral
equation, see also [34],[32].

In our example, we will choose piece-wise constant (PWC) expansion- and test functions.
The m-th basis function of this set is defined as

17 Zm—1 <z < Zm+1,

0, elsewhere,

where the index m = 1,2,.., Nyqz- For the wire antenna of Fig. we get zg = —[ and
ZNae+1 = L. Note that the PWC basis functions do not explicitly satisfy the physical requirement
that the current at both ends of the wire should be equal to zero. This requirement can be satisfied
when using PWL basis functions (see Fig. . For that reason, PWL basis functions will provide
a more accurate result for a given maximum of sub-domains. By substituting for PWC
functions in the expression for Z,,, , we obtain

Zm+41 Zn+1 1 62 e_]kORa
Zon = — 14+ 55— dzy d .
RO / / ( +k88z2> inR, 0 (5-19)

Zm—1 Zn—1

The double derivative w.r.t. z in can easily be obtained analytically, see [35], [31]. The
resulting double integral then needs to be determined numerically, for example by using standard
integration routines available in MATLAB. The last step in the calculation of the mode coefficients
with is the calculation of the excitation vector [V¢*]. The excitation field in expression
can be an incident plane wave or a locally generated field. In this example, we will assume
that a voltage generator is connected to the input port of the wire antenna, located at the center
of the wire. The voltage generator can be approximated by a so-called delta-gap generator, which
generates locally a very strong electric field directed along the z-axis. This excitation field can be
expressed as follows:

E = V,0(2 — 2y, (5.20)

where Vj represent the generator voltage and where z, is the position of the delta-gap generator.
When we connect the delta-gap generator at the center of mode m = i, with z, = z;, the excitation
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vector [V*] takes the following form:

‘/'1623 0
‘/éefﬂ 0
[Vex] — — . (5 2 1)
Vi Vo
%5 0

max

As a result, only element ¢ of the vector [V¢*] is nonzero. We have now determined all elements of
[Z] and [V**] in matrix equation (5.12). By solving this equation (numerically), we can determine
the unknown mode coefficients and related current distribution along the wire antenna. The far-
field pattern is then determined by using the expressions introduced in section 4.2 The input
impedance is easily found as the relation between the input voltage and input current:

Vo

Zin = Ti,

(5.22)

where I; is the mode coefficient of mode 1.
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Chapter 6

Phased Arrays and Smart Antennas

Phased-array antennas with electronic beamsteering capabilities have been developed in the period
between 1970-1990 mainly for military radar applications to replace mechanically rotating antenna
systems. Reflector antennas have a high antenna gain, but have the disadvantage that the main
lobe of the antenna has to be steered in the desired direction by means of a highly accurate
mechanical steering mechanism. This means that simultaneous communication with several points
in space is not possible. Small antennas, like a dipole or microstrip antenna have a close to omni-
directional radiation pattern, but have a very low antenna gain. Therefore, small antennas cannot
be used for large-distance communication or sensing. By combining a large number of small
antennas, we can create an array of antennas. When each of these individual antenna elements
is provided with an adjustable amplitude and phase, we obtain a phased-array antenna. In this
way, a phased-array antenna can communicate with several targets which may be anywhere in
space, simultaneously and continuously, because the main beam of the antenna can be directed
electronically into a certain direction. Another advantage of phased-array antennas is the fact
that they are usually relatively flat. Examples of modern phased array systems are shown in Fig.
and Fig. used in radar and radio astronomy, respectively. Phased arrays are also very
suited for future millimeter-wave 5G and beyond 5G wireless communication systems, where a
high antenna gain is required in combination with electronic beamsteering.

In this chapter, we will first investigate the general properties of phased arrays, starting with
linear arrays of isotropic radiators. Then, we will extend the theory to two-dimensional arrays.
As a next step, we will introduce real antenna elements, like dipoles and microstrip antennas [26].
We will show that mutual coupling between the elements can limit the performance of the array.
Finally, we will investigate the effect of errors, noise and present a method to calibrate the array
to compensate for errors. In this chapter we will again assume to have time-harmonic signals and

waves.

6.1 Linear phased arrays of isotropic antennas

6.1.1 Array factor

We will investigate the basic principle of operation of linear arrays by considering the array in
receive mode, as illustrated in Fig. Due to reciprocity, the behaviour of the array antenna

143
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Figure 6.1: Ezample of a phased-array radar operating at X-band frequencies, courtesy: Thales
Netherlands.

Figure 6.2: Example of a large phased-array antenna used in radio astronomy, [25].

in transmit mode is exactly the same. However, in practical active phased-array systems, the
functionality of the transmit electronics may differ from the receive electronics. The linear array
of Fig. consists of K identical antenna elements with k = 1....K, separated by an element
spacing of d,. Element k = 1 is located in the origin of the coordinate system at (z,y, z) = (0,0,0).
In this section, we will assume that all antenna elements are isotropic (omni-directional) radiators.
Although isotropic radiators cannot exist in reality, they allow us to investigate the basic array
properties. Each antenna element k includes a circuit which can perform a complex weighting
of the received signal si, by multiplication with the complex coefficient a; = ]ak]e_w’“. This
complex coefficient consists of an amplitude |ag| (taper) and a phase shift —i;. The set of
complex coefficients is also often called the array illumination. In general the complex weighting
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will be realized by means of an electronic circuit and can be done both in the analog and digital
domain. Finally, all signals are summed in the summing network.

z 4
L
R
O/Vj
Antenna
element / S%
1 2 K1 /N K
d, d,
S §; Sk . Sk
|alexp(-/¥1) ‘ |aslexp(5y») aK—llexp('jWK—lﬁ laglexp(5/wx)
| SUMMING NETWORK |
ls

Figure 6.3: Linear phased-array antenna consisting of K identical antenna elements, separated by
a distance d;. The signals received by each of the antenna elements are multiplied by a complex
coefficient with amplitude |ay| and phase —i)y.

Now let us investigate the receive properties of a linear array of isotropic antennas in more
detail. We will assume that a time-harmonic electromagnetic plane wave is incident on the array
from an angle 6y with respect to the z-axis. This plane wave can be assumed to be generated by
another (transmit) antenna located far away from the array. The received signal of array element
k can now be written as:

s = eko(k—1)dz sinfo_ (6.1)

where we have normalized the received signal s of element 1 to be equal to 1. In addition, kg = i—ﬂ
is the free-space wavenumber. The received signals at each array element can be physicallg/
interpreted as the voltage along the output port of each antenna element or can represent the
(complex) amplitude of the guided wave along the transmission line which is connected to the
antenna element, for example in case of a waveguide or a microstrip transmission line. Since the
incident plane wave illuminates the array with an angle 6y, a phase difference will occur between
the signals received by each of the array elements. This phase difference could also be interpreted
as a time delay, since element k will receive the signal a fraction 7 earlier as compared to array
element (k — 1), where 7 is given by:
dy sin O
;= x>0

P (6.2)
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where ¢ = 3.10% is the speed of light in free-space. By using the superposition concept of electro-
magnetic waves we can write the total received signal at the output of the array of Fig. [6.3] in
the following form:

S(80) = i |ay| ko (k=) sinGo—ty] (6.3)
k=1
The function S(fp) is called the array factor. The array factor is the response of the array of
Fig. [6.3] on an incident plane wave that hits the array surface under the angle 6y, expressed in
the coefficients ay = |ag|e™¥* with k = 1...K — 1. The array factor is a periodic function of sin 6
with a period of Ag/d,.

A similar analysis could be done for an array in transmit mode. Besides some constants
and the factor e=7%7 /1 we would obtain a similar expression as for the electromagnetic field
far away from the array (far field).

The maximum of the array factor occurs when the applied phase shift —1;, by the electronics
connected to each of the receiving antenna elements exactly compensates the phase of each of the
received signals. This occurs when:

Vi = ko(k — 1)d sin fy. (6.4)

By changing the set of applied phases 1, we can manipulate the direction 8y for which the array
is maximized. In other words, by changing the set of phases 1, we can electronically scan the
beam of the array. Because of this, this type of antenna is called a phased array.

Let us now assume that we use a set of excitation coefficients aj of which the phase v is
given by . The resulting array will have a maximum sensitivity when incident plane waves
hit the array with an angle of 8 = 6y w.r.t. to the z-axis. Let us now introduce the variables u

and ug according to:

u = sind

(6.5)
ug = sin 00

If we now assume that a plane wave is incident on the array under an angle €, we can re-write
the array factor (6.3]) by means of the following expression
K
S(U) — Z |ak|€j[ko(k71)dz(sintsinBO)]

’f;l (6.6)

= 3 [afertholds (o)
k=1

6.1.2 Uniform amplitude tapering

In case of a uniform amplitude weighting (tapering), where |a;| = 1 for k = 1...K, we can express
the summation of in terms of an analytical expression. By introducing f = kod,(u — up),
we can re-write the array factor:

K

S(B) = elkm15, (6.7)

k=1
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By multiplying both left- and right-side of with ¢’ we obtain:

K K
5(8)e? = e’ Z k=18 — Z eIkB (6.8)
k=1 k=1
By subtracting the relation (6.7) from , we get:
S(B) (ejﬁ - 1) . " (6.9)
In other words:
KB 1
S) Z[Gm_ll

(6.10)

K152 [GJKB /2 - em9k0/ 21

eIB/2 _ ¢—3B/2
IHE—1)8/2 {sin(KBﬂ)]
sin(8/2) |-
Expressed in u coordinates, we then finally find the following expression for the array factor of
an array with uniform tapering:

S(u) = K- Dkods(u=uo)/2 {Sgr(lé’sziﬂ(ci“_‘uz%ﬂ (6.11)

The antenna radiation pattern can by found by normalizing the received power w.r.t. its maximum

value, according to the definition introduced in chapter[2l When we apply this to our array factor,
we obtain the following expression for the normalized (power) radiation pattern of the linear array:

S _ [sin(Kkodx(u—UO)ﬁ)r (6.12)

1S ()2, 00 K sin(kod,(u — up)/2)
For small values of the term kod,(u — ug)/2, this reduces to
SO (st /2] (613
19(u) e Kkodz(u —u0)/2 |

Expression is exactly equal to the radiation pattern of a uniformly illuminated continuous
line source of length L = Kd,. This can easily be verified by comparing with expression
(4.175)), which resembles the radiation pattern of a uniform aperture.

As an example, let us investigate a linear array with uniform tapering consisting of K = 16
isotropic antenna elements, separated by a distance d; = Ao/2. The normalized radiation pattern
can be found by using equation ([6.12)). Fig. shows the radiation pattern in case the main
beam of the array is directed towards the angle 6y = 0°. Fig. shows the radiation pattern
when the main beam is scanned towards §y = 40°. The first sidelobe of the radiation pattern
is located at a level of -13.2 dB below the main lobe level. The height of the first sidelobe is
directly related to our choice of a uniform tapering. It can be shown that the 3 dB beam width

0.8858)\¢
—— [36]. With
Kdzcosﬁg[ ) '

K =16, dy = M\o/2 and 0y = 0%, we obtain O p ~ 6.3°. The exact 3 dB beam width in Fig. |6.4
is Ogp = 6.20.

of a linear array with uniform tapering for large values of K equals: 0pgp =
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Array pattern of 16—element uniform array with )\UIZ spacing
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Figure 6.4: Normalized radiation pattern according to of a uniformly illuminated linear
array of 16 isotropic antennas. The main beam is located at broadside (§ = 0°). The element
spacing is dy = Ao /2.

Array pattern of 16—element uniform array with )\UIZ spacing
0 T T T

-5 4

{ | |
N = =
o 15 o

T T T

1 1

Normalised Array Pattern [dB]
N
(4]
T

—30+

6 [deg]

Figure 6.5: Normalized radiation pattern according to of a uniformly illuminated linear
array of 16 isotropic antennas. The main beam is located at an angle of § = 40°. The element
spacing is dy = Ao /2.
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6.1.3 DFT/FFT relation

When we investigate expression more carefully, we can recognize a Discrete Fourier Trans-
formatie (DFT). The DFT can be written in the following general form:

727 (k—1)(n—1)
K

1<n<K. (6.14)

We can rewrite the array factor in a similar form as (6.14]) by choosing the sample points in
the u space according to:

Ao(n — 1)'

1
LK (6.15)

U —uy =
For the specific case that the number of array elements K is a power of 2, the array factor simplifies
in to a Fast Fourier Transform (FFT). By using FFT processing, we can efficiently compute the
radiation pattern of very large phased arrays. FFT processing is also often used in the digital
back-end of phased array antennas with digital beamforming.

6.1.4 Grating lobes

Previously, we have already shown that the main beam of a linear array can be scanned to any
angle 6y by applying a linear phase distribution along the array according to (6.4). The array
factor as defined in is a periodical function of the variable u—wug. In other words: besides the
main beam, the array factor can have more maxima in the visible space, the so-called grating lobes.
The existence and exact location of the grating lobes w.r.t. the main beam depends on the element
spacing d,. In most practical systems, d, will be chosen in such as way as to avoid the existence
of grating lobes in the visible space, where the visible space is defined by —1 < u = sinf < 1.
A grating lobe will appear in the direction w,, when the argument of the exponent in expression
can be written as an integer number of 27

ko(k — 1)dy(up, — ug) = 2mwm, (6.16)

27
where m is an integer number and where ko = S For a given scan angle of the main beam

ug, a grating lobe will appear in the visible space when |u,, = 1| or 6,, = £90°. The relation
between the element spacing and the maximum scan angle 67'*® of the main beam of the linear
array without the appearance of a grating lobe is given by:

d 1
< B (6.17)
Ao~ 1+ |sinégge|

A lot of applications require scanning over the entire visible space. By substituting 5% = 90°

in expression(6.17), we can observe that grating lobes are avoided when the element spacing
d; < Xo/2. This corresponds to the well-known Nyquist sampling criterium used in analog-to-
digital convertors (ADC).
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6.1.5 Amplitude tapering and pattern synthesis

In section we have shown that a linear array with uniform amplitude tapering, i.e. |ag| =1
for all k, generates quite high sidelobes in the radiation pattern, corresponding to the behavior of
the sinc function. This results in a first sidelobe level of -13.2 dB w.r.t. the main beam power level.
We can reduce the sidelobe level of phased arrays considerably by using an amplitude weighting
along the array elements. The weighting function or amplitude taper needs to be chosen in such
a way that contributions of the edge elements to the total array factor are reduced. In other
words, the illumination of the edges is reduced. One of the well-known taper functions is the
cosine-power taper given by:

m T Kd,
lag| = b+ (1 — h) cos (m_l{)d) oal < =57, (6.18)

in case of an array along the z-axis, where xj represents the xz-coordinate of array element k. Note
that we have assumed in this case that the center of the array is located at x = 0. The parameter
h allows us to use an offset (also known as pedestal). When h = 1, we again obtain a uniform
taper. Commonly used taper functions are the cosine taper (m = 1) and the cosinus-square taper
(m = 2). The corresponding normalized radiation patterns are shown in Fig. and Fig. in
case of an array with K = 16 elements and element spacing d, = A\¢g/2. The cosine taper results

Array pattern of 16—-element array with cosine (m=1) taper and )\0/2 spacing

0 T T
—— Cosine taper
— — Uniform taper

-251 VA

=30 ! |

Normalised array pattern [dB]
\

6 [deg]

Figure 6.6: Normalized radiation pattern of a linear array with a cosine taper (m = 1) with h =0
and K = 16 array elements. The highest sidelobe is found at a level of -23 dB. The main beam is
directed towards broadside 8 = 0°. The element distance dy = Xo/2. The corresponding radiation
pattern of an array with uniform tapering is also shown.

in a peak sidelobe level of approx. -23 dB and the cosine-square taper results in a peak sidelobe
level of -32 dB. This is a significant improvement as compared to a uniform taper. Other well-
known taper functions are the Taylor taper and the Dolph-Tchebycheff taper [36]. The Taylor
tapering results in a monotonic decrease of the sidelobe level away from the main beam, whereas
the Dolph-Tchebycheff taper creates a constant sidelobe level. An example of the Taylor taper is
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Array pattern of 16—-element array with cosine-squared (m=2) taper and )\UIZ spacing
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Figure 6.7: Normalized radiation pattern of a linear array with a cosine-square taper (m = 2) with
h =0 and K = 16 array elements. The highest sidelobe is found at a level of -32 dB. The main
beam is directed towards broadside § = 0°. The element distance dy = \g/2. The corresponding
radiation pattern of an array with uniform tapering is also shown.

shown in Fig. for a 16-element linear array with a spacing of d, = A\g/2. The Taylor taper
provides low sidelobes with a peak sidelobe level of 30 dB in this case. As a side effect, the beam
width of the main beam increases, and as a result, the directivity will be lower as compared to

an array with uniform tapering, see also next section.
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Figure 6.8: Normalized radiation pattern of a 16-element linear array with a Taylor taper with 30
dB peak sidelobe level. The main beam is directed towards broadside @ = 0°. The element distance

dy = Xo/2. The corresponding radiation pattern of an array with uniform tapering is also shown.

One of the main benefits of phased arrays is that the pattern (main beam and sidelobes) can
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be controlled by using specific sets for the complex weight of each of the array elements. Several
pattern synthesis methods are described in literature that control the main beam and/or sidelobe
level. An overview of these methods can be found in [37]. The synthesis method introduced by
Schelkunov [38] provides some physical background in sidelobe control of pencil-beam patterns.
The array factor of a linear array can also be written as a polynomial of a new variable z,
resulting in the so-called Schelkunov polynomial:

S(z) = ay + agz + a3z’ + ... + agaf (6.19)

5 = ejkodz sin 6 6—]k0dz sin Og

where and ap = |ag| . Note that |z| = 1, so located on a unit-circle in
the complex z plane. The Schelkunov polynomial (6.19)) can also be written in terms of a product

of K — 1 factors:

S(z) = ax(z—21)(z—292)...(z — 25-1), (6.20)
where z1, 29, .... zx_1 represent the zeros of the polynomial. A zero in the polynomial corresponds
with a null-location in the radiation pattern of the linear array. As an example, we will consider
a linear array with K = 8 elements with spacing of d = A\g/4 and main beam directed towards
broadside (6p = 0). Let us first consider a uniform amplitude tapering. Fig. shows the
locations of the zeros in the Schelkunov polynomial plotted in the complex z-plane, together with
the radiation pattern. The null at § = —30° in Fig. corresponds with the following location
in the complex z-plane:

e]kodz sing _ 6]%%) sin 0

(6.21)
= elasind _ o017
The separation between the nulls of a uniformly illuminated array in Fig. is equidistant. If
we want to create low sidelobes, we should try to put the nulls closer together and move the first
nulls away from the main-lobe. This is done when using a Taylor of Dolph-Chebychev tapering.
This is illustrated in Fig. [6.10] where the null location of a Taylor taper with -20 dB peak sidelobe
is compared to the uniformly illuminated array. The corresponding radiation pattern and taper
function along the array is provided in Fig. By comparing the location of the nulls with Fig.
[6.11] it can be observed that the nulls have indeed shifted away from the main beam and are now
located closer together. In addition, the beam width of the main beam has broadened, which will
result in a reduction of the directivity as we will see in the next section. Low sidelobes can also
be obtained by choosing a specific (often randomized) array grid. A special case is discussed in
[39], where a sequential rotation technique is used to realize circularly-polarized arrays with low
sidelobes.

6.1.6 Directivity and taper efficiency

The directivity of an array directly determines the range of a wireless link or radar system as
stated by the radio- and radar equation (see chapter [2)). The directivity of a linear array of
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Figure 6.9: Zeros of the Schelkunov polynomial plotted in the complex z-plane and relation to the
nulls in the radiation pattern. Linear array with uniform illumination (lax| = 1) and with K =8
elements spaced d = \o/4. The main beam is directed towards broadside (8p =0).
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Figure 6.10: Zeros of the Schelkunov polynomial plotted in the complex z-plane for a uniform and
Taylor taper. Linear array with K = 8 elements with spacing of d = \g/4 and main beam directed
towards broadside (0 =0).

isotropic radiators can be determined by substituting the array factor into equation (2.12)).
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Figure 6.11: Radiation pattern (left) and amplitude taper along the array (right) of a linear array
with K = 8 elements with spacing of d = \o/4 and main beam directed towards broadside (6y = 0).

In this way, we can obtain the directivity in the direction 0y:

P(6o)
P, /4w
47|S(00)|? (6.22)

[1s@pan
Veo

where the integration is done over the entire visible space. The integral can be solved by using a
new coordinate £, where £ is defined as the opening angle with the positive y-axis in the y — z-
plane. The differential solid angle is now given by d€) = cos0dfd¢. In case of a linear array
located along the z-axis, the array factor will not depend on the £ coordinate. Let us assume
that the main beam of the array is directed towards broadside, so §y = 0°. By using u = sin@



6.1. LINEAR PHASED ARRAYS OF ISOTROPIC ANTENNAS 155

and du = cos 0df, we can rewrite (6.22)) in the following form:

()

k=

D = =L/
[ 18()Pdu
-1

()

1 ¥ K
[ 303 laellaufero 0 du
]

k=11=1 (6.23)

()

1

K
> lawlar] [ ettty

1i=1 1

()

lak||a;|sinclkody, (k — 1)]

M=

>
Il

2

M=
™=

>
Il

11
When kod; = mm (which implies that d; = mAo/2), we find that sinc[kodz(k — )] can only be
non zero when k£ = [. Therefore, the directivity can be written as:

K 2

<Z |ak|>

e (6.24)
> lawf?
k=1

As a result, we can observe that the directivity of a uniformly-illuminated linear array with

Il
—

element spacing d, = mAy/2 is equal to D = K. Consider for example, an array with K = 1000
(isotropic) elements. The corresponding directivity is in this case D = 10log;,(1000) = 30 dB.
When we apply an amplitude tapering with |a;| < 1, the directivity will be reduced as

compare to the uniform case according to:

D = Knyap, (6.25)

where the taper efficiency 7, is given by

2

K
(Z |ak:|>
— M=l 7 (6.26)

Tlitap K .
K agl?
k=1
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An example is shown in Fig. for a linear array with K = 64 elements and a spacing of
dy = X\o/2. The figure shows the radiation pattern in case of a Taylor taper with 40 dB peak
sidelobe as compared to the uniform case. The Taylor taper provides low sidelobes, but also a
directivity reduction of 1.2 dB (1qpp, = 0.76). In other words, the effective antenna aperture has
reduced with 24% as compared to the uniformly-illuminated array.

| Uniform taper, D=18.1 dBi | Taylor taper, 40 dB SLL, D= 16.9 dBi
0 Receive pattems at =12 GHz phi=0 deg 16-Apr-2016 0 Receiwe pattems at =12 GHz phi=0 deg 16-Apr-2016
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Figure 6.12: Effect of Taylor amplitude tapering on the radiation pattern of a linear array with
K = 64 elements with element spacing of d = Ag/4 and main beam directed towards broadside
(6o = 0). The taper efficiency nqpp = 0.76.

6.1.7 Beam broadening due to beam scanning

The beam width of an antenna has been defined in chapter In this section, we will again
consider a uniformly illuminated linear array of isotropic radiators. The array factor is given by
expression . From this expression, we can observe that the array factor depends on the
coordinate u— ug, where uy is a fixed value corresponding to the direction of the main beam (scan
angle). Therefore, we can conclude that the array factor does not depend on the absolute value of
u. As a result, the 3 dB beam width ((i.e. the u value for which the amplitude of the array factor
is equal to 1/4/2 w.r.t. the maximum value) will also not depend on u. To conclude, the beam
width will be constant in the u-domain. However, when we express the array factor in terms of
6, the situation is different since the relation between v and € is given by:

u =sin#, (6.27)

which implies that

du
= . .2
f cosf (6.28)

As a result we can express a small difference Af around 6y in the following way:

A
NG~ (6.29)

cosfy’
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Assume that Aw indicates the difference in u corresponding to the 3 dB beam width in the

expression of the array factor (6.12]). The corresponding beam width expressed in 6 will then

1
cos g

have a dependence. As a result, we can write the 3 dB beam width in the following form:

0
Opp = —

= i (6.30)

As expected, the beam of the array becomes broader when the main beam is scanned towards the
horizon (fy = £90°).

6.2 Planar phased arrays of isotropic radiators

The theory of linear arrays can be easily extended to planar arrays. Fig. [6.13]shows the geometry
of a two-dimensional planar array, in which the elements are placed on a rectangular grid. Let us
again first assume that all array elements are isotropic radiators. The element distance along the
z-axis and y-axis are given by d, and d,;, respectively. j denotes the element index according to
j = (l—1)K + k. The position of the j-th element in the array is denoted by 7 according to:

—

r; = :):jﬁm + yjﬁy (6 31)

= (k—1)dyty + (I — 1)dyi,.
We will again investigate the array in receive-mode first. Now let us assume that a plane wave

illuminates the array from the direction (6, ¢), denoted by the unit vector #,. The array factor
can now be obtained by summing all received contributions from the array elements according to:

K L
S0, ) = Z Z |aj|63[koﬁrﬂ*¢j]7 (6.32)
k=11=1
where
a; = lajle™i,  j=(1-1)K +k, (6.33)

represents the excitation coefficient of element j with phase ¢; and amplitude |a;|. The inner
product (7 - 4,) can be found by

Uy -7 = [(k—1)dptiy + (I — 1)dyty] - [sin @ cos ¢, + sin 0 sin ¢iiy + cos O]
(6.34)
= (k—1dyu+ (I —1)dyv.
with v and v given by
u = sin#fcos ¢,
(6.35)

v = sinfsin¢.
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Figure 6.13: Planar phased-array antenna consisting of K x L elements separated by a distance
dy along the x-axis and d, along the y-axis. The element index is j = (I — 1)K + k. The signals
received by each antenna element are fed into an electronic receiver that takes care of the amplitude
weighting |a;| and phase shifting —i; of the received signal.

As a result, we can rewrite the array factor (6.32)) in terms of (u, v)-coordinates according to
K L
S(u, U) — Z Z |aj|ej[ko(kfl)dqurko(lfl)dyvfwj}‘ (636)
k=11=1

When we want to direct the main beam of the array towards (6o, ¢o), the phase shift ¢; at each
array element should be chosen as:

%’ = k?o(k? — 1)dmu0 + k?o(l — 1)dy’()0, (637)

with ug = sin 6y cos ¢ and v = sin O sin ¢g. Substituting (6.37)) in (6.36)), results in the expression
for the array factor of a planar array with the main beam directed towards (ug, vo):

K L
S(u,v) = Z Z |aj|ejko[(k—l)dz(U—UO)+(l—1)dy(v—vo)]. (6.38)
k=11=1
Now consider a uniformly illuminated array with |a;| = 1, for all j. The array factor can now

be expressed in terms of a product of two array factors corresponding to two linear arrays with
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uniform illumination:

K
S(u, U) — <Z e]ko (k—1)dg(u—uo > (Z e]ko (I-1)dy(v— vo)>

oI (K —=1)koda (u—10) /2 ,5(L—1)kody (v—v0) /2 (6.39)

{sin(Kkgdx(u - uo)/2)] lsin(Lkody(v - vo)/Q)]
sin(kod, (u — ug)/2) sin(kody(v —v0)/2) |

Fig. shows the normalized radiation pattern of a planar array consisting of 64 isotropic
antennas (K = L = 8). The element spacing is equal to Ao/2 in both directions. The main
beam is scanned towards (fg = 40°, ¢g = 0°). We can clearly observe the beam broadening of
the main beam and of the first sidelobes. The peak value of the first sidelobe is again -13.2 dB,
corresponding to the sinc function in expression . Lower sidelobe levels can be obtained by
applying amplitude tapering, in a similar way as done for linear arrays.

; 2d receive pattem [dB] at =12 GHz levels=-40 -20 -3 dB 19-Apr-2016 o Receive pattems at =12 GHz phi=0 deg 19-Apr-2016
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Figure 6.14: Normalized radiation pattern of a uniformly illuminated planar array of isotropic
antennas with 8 x 8 = 64 elements. The main beam of the array is directed towards (By =
40°, ¢pg = 0Y). The element spacing is dy = dyy = \o/2.

In our analysis of linear arrays, we have already observed that multiple maxima (grating
lobes) can occur in the array factor. This happens when the distance between the array elements
is too large. Grating lobes in a planar array occur when the argument in the exponent of
is a multiple of 27. As a result, grating lobes will appear in the directions indicated by (u,, vp,)
when the following condition is fulfilled:

ko [(k — 1)dy(um — uo) + (I — 1)dy(vm — vo)] = 2mm, (6.40)

for integer values of m, where m = 0 corresponds to the main beam. In case of a rectangular
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array grid, the grating lobes will occur along a rectangular grid in the (u,v)-plane given by:

1

u—uy = —— i=0,%1,£2, ...
' dax/ Mo (6.41)
J .
v—v9 = —— =0,£1,£2,....
dy/re

The rectangular grid of grating lobes in the (u,v)-plane is illustrated in Fig. [6.15]in case of an

d d
array with )\—x = 0.5 and )\—‘r = 1 with the main beam directed towards broadside ug = vy = 0. We
0 0
can clearly see that all grating lobes appear outside the unit circle. As a result, no grating lobes

will appear in the visible space. In case of scanning, the whole pattern will shift according to the

A
arrows as indicated in Fig. |6.15] In case 2, the element spacing is larger than ?0. As a result,

grating lobes will appear in the visible space. In most applications grating lobes will deteriorate

the performance of the antenna system.
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Figure 6.15: Grating lobe pattern in the (u,v)-plane of a planar array placed on a rectangular grid
d d d

with: case 1 — = -2 = 0.5 and case 2 — = L = 1. The blue dot shows the main beam scanned
)\0 )\0 /\0 )\0

towards broadside (ug = vg = 0). The entire pattern will shift according to the direction of the

arrows in case of scanning.

6.3 Arrays of non-ideal antenna elements

Up to now, we have assumed that the individual array elements are ideal isotropic radiators with
omni-directional radiation characteristics. As already discussed before, isotropic radiators can
physically not exist. Therefore, we need to introduce physical antenna structures in our array
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theory. However, most of the array features that we have already discussed in this chapter will
not change significantly by using real antenna elements. Several types of antennas can be used as
a building block in a phased array system, such as dipole antennas (usually with a length of A\/2)
and microstrip antennas. These individual antennas should have a broad beam width, else the scan
range of the phased array will be very limited. More details about the radiation characteristics
of various types of antenna can be found in other chapters. An example of a realized array for
radio-astronomy is shown in Fig where a 64-element planar array of bow-tie antennas is

shown [25].

Figure 6.16: The one-square metre array (OSMA), a pathfinder for the square kilometer array
(SKA) radio telescope [8], [25]. OSMA consists of 64 bow-tie elements with a bandwidth of approz.
an octave from 1-2 GHz.

Now let us assume that the far-field pattern of an isolated array element is given by f (u,v),
which can physically be interpreted as the electric field generated by an isolated element. The
radiation pattern of an individual array element f (u,v) is known as the element factor or element
pattern. Let us for now assume that the radiation characteristics of all array elements are identical.
We can then simply apply the superposition principle in order to find the far-field of a planar
array of real antenna elements:

K L
— Z Z a]|fj u, v)ekol(k=1)dz (u=uo)+(I=1)dy (v=—vo)] (6.42)
k=11=1

Since we have assumed here that all array elements are identical with f; = f_; we can rewrite

(6.42)) in the following form:

g(u Q] = f Z Z |aj|€]k0[(k_l)dw(u_u0)+(l_1)dy(v_v0)]' (643)
k=11=1
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The normalized radiation pattern can be determined from by:

_ 1S(uv))?

Flu,v) = ——">—.
( ) ’S(u071}0)|2

(6.44)

6.4 Mutual coupling

In the previous sections we have assumed that mutual electromagnetic interaction between the
individual array elements can be neglected. However, in practise the array elements will be placed
on an array grid with a typical element spacing of only A\¢/2. Since most antenne elements only
operate at resonance, the physical size of the antenna elements will not differ that much from the
element spacing. As a result, the individual antenna element will interact with each other, causing
so-called mutual coupling. Mutual coupling will affect the element pattern of each array element
and will have an influence on the input impedance. Since each antenna element will observe
a (slightly) different electromagnetic environment, the element pattern and input impedance of
each element will be different. A rigorous electromagnectic analysis of mutual coupling in phased-
arrays is outside the scope of this book. Numerical electromagnetic methods (e.g. MoM, see
chapter |5) can be used to determine the mutual coupling. In addition, in [3] a method is provided
to analyze mutual coupling in finite arrays of microstrip antennas.

In this book we will restrict ourselves to the introduction of the key performance parameters
that describe the effect of mutual coupling. We will use the concept of microwave networks (see
chapter [3]) in which we will use propagating waves along transmission lines instead of currents
and voltages. Let us consider the microwave network of Fig. [6.17, This black-box representation
is an equivalent microwave network of a phased-array antenna consisting of K x L elements (see
also Fig. . A forward wave will propagate with complex amplitude a; along the transmission
line connected to the input port of each antenna element j. In addition, a reflected wave with
complex amplitude b; will propagate along the same transmission line in the opposite direction.
The complex amplitudes of both the forward and reflected waves can be directly measured with
a vector network analyzer (VNA). When we consider the array in transmit mode, the reflected
signal, represented by b;, is unwanted since it reduces the total signal that is radiated by array
element j. As an example to further explore the concept, we will consider a very small array with
only two antenna elements, so K = 2 and L = 1. The relation between the forward and reflected
waves at the input of the network can be written in the following form:

b1 S11 Si2 ap
_ | (6.45)

by So1 Sa2 a

where [S] is the de scattering matrix. Note that Si; represents the reflection coefficient at port 1
when port 2 is terminated with a matched load impedance, also known as the reference impedance.
In practise the reference impedance will often by equal to 50§). Similarly, Sso is the reflection
coefficient at port 2 when port 1 is terminated with a matched load impedance. The coefficient Ss;
is the coupling coefficient between antenna element 1 and 2. It is a result of the electromagnetic
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Microwave network

aﬂl hb{’ ____________ aﬂl hb}’ __________ a;zle hbfzxL

Figure 6.17: Microwave network representation of a phased-array antenna consisting of K X L
antenna elements.

interaction between both antennas. Since array antennas are passive, reciprocity applies. As a
result So; = S19. The coupling coefficient can be obtained by using

b
So1 = 2 |ag=o - (6.46)
ai

In case the array is used in transmit mode, the reflected signal at port 1 will include two compo-
nents according to

Ract — Star + 512a2’ (6.47)
ai
where a1 and as represent the excitation coefficients which have already been introduced in (6.33)).
Since a; and ay both depend on the scan angle of the main beam of the array (6p, ¢o), the resulting
reflection coefficient R$* will also depend on the scan angle. Therefore, RI is referred to as the
active reflection coefficient of array element 1. Similarly, R3“ is the active reflection coefficient of
array element 2. From , we can observe that a large coupling coefficient S5 can significantly
deteriorate R$“* and R Note that in practise, the active reflection coefficients not only depend
on the scan angle, but also on frequency.
For an array consisting of K x L elements, the active reflection coefficient of array element
j is given by
1 KxL

R§ (ug,vo) = P > Sijai(ug, vo), (6.48)
J =1

where the excitation coefficients a; with i = 1,2, ... are given by ((6.33]). Since part of the incident
power will be reflected, a power loss equal to L; = 1 — \R?Ct|2 will occur. L; is the scan loss and

can be interpreted as a reduction of the antenna gain of array element j. The element factor in
should then be replaced by:

— —

Fi(u,0) = flu, UM 1~ | Roet(ug, )| (6.49)
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We can also define the active input impedance of the j-th array element as:

Zin,act o ‘/] o KxL Iz
TN (o, v0) = 2 = Y Zy (6.50)
IJ i=1 IJ

where V; and I; are the voltage and current at the input port of the j-th element and where Zj;
is the mutual impedance between array element j and i. The relation between the active input
impedance and the active reflection coefficient is now given by:

Z;n,act (UOa UO) _ ZO

Z]i'n,act (U,O, 'UO) + ZO ?

R§ (g, vo) = (6.51)
where Zj is the port impedance, usually Zy = 5052.

The effect of mutual coupling on the performance of phased arrays can be best illustrated
with some examples. Let us first consider a large X-band phased-array radar with 4096 open-ended
waveguide radiators as presented in [4I]. The measured coupling coefficients of a small sub-array
of 127 elements near the center of the array and the associated active reflection coefficient are
provided in Fig. It can be observed that the active reflection coefficient depends on the scan
angle, but remains quite low up to a scan angle of +/—60" in both planes. The measured element
patterns in the H-plane (¢ = 0°) are provided in Fig. The element patterns fluctuate around
a cos ) pattern, resulting in about 3 dB of gain reduction at a scan angle of 6y = 55°. Another

H-plane (¢$,=0°)
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Figure 6.18: Measured coupling coefficients (left) of the center part of 127 array elements and
the corresponding active reflection coefficient (right plots) in the H-plane (¢g = 0°) and E-plane
(po = 90°). The coupling coefficients between the center element (k = 4, 1 = 9) and the other
elements is shown. More details on the measured data can be found in [{1]].
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Figure 6.19: Measured and simulated element pattern of the center element (left) and measured
element patterns (right) of the center part of an array with 127 array elements in the H-plane
(o = 0°). More details can be found in [{1].

example of the effect of mutual coupling is shown in Fig. Due to a periodic effect in this
array of 1024 folded-dipoles, a so-called blind scan angle occurs at a scan angle of fy = 60°. In
this case, all power is reflected and as a result, the directivity will be very low. More details can

be found in [42].
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Figure 6.20: Photo and the measured element pattern of the center element of a 1024 phased-array
of folded dipoles operating at L-band frequencies. More details can be found in [{2)].
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6.5 Beamforming

6.5.1 Beamforming concepts and architectures
6.5.2 Phase shifters (PHS) versus true time delay (TTD)

Traditionally, phased-arrays use phase shifters (PHS) to steer the beam of the antenna. As an
alternative true-time delays (TTD) can be used. In order to understand the differences and
whether PHS or TTD should be used in an application, let us investigate the array factor in more
detail. The general form of the array factor is given by :

S(u) Z|ak|€][k0 (k—1)dg (u—uo)] _ Z|ak|e fo(k—l)dzu—wk], (6.52)
k=1

where fjy is the frequency of operation, ¢ is the speed of light and ¢y is the applied phase shift
to array element k at the frequency fo. In a PHS unit, the realized phase shift is constant
versus frequency. In a TTD unit, the phase shift is realized with transmission lines of a specific
length. As a consequence, the realized phase will depend linearly on frequency. An example of a
4-element beamformer using 2-bit TDU units is shown in Fig. [6.2I] When we look carefully at

2-bit TDU (4 states)

Figure 6.21: 4-element beamformer using TDU units including 4 dipole-like antenna elements.
The switches in the TDU units are realized with MEMS technology [40]

equation , we can observe that the required phase shift ¢;, should have a linear dependency
with frequency, since the term 2”0 %(k — 1)d,u also shows a linear behavior versus frequency. As
a consequence, PHS units can only be applied in phased-array systems with a relative small
operational frequency bandwidth. At least when a fixed scan angle is required. The effect of
so-called beam squinting is illustrated in Fig. where the radiation pattern of a 64-element
linear array is shown at 10, 12 and 14 GHz. The center frequency of the array is fo = 12 GHz at
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which the optimal phase shift settings were chosen to scan the array towards 40°. The main beam
is clearly squinting to another direction when the frequency of operation is changed according to:

S w
fo u’ (6.53)
u = U(]@

f’

where we assumed that fj is the design frequency of the array (in this case 12 GHz) and f is the
frequency of interest. Note that beam squinting can also be useful: it is a way to realize beam
steering without the need of adjustable phase-shifters.

Beam squint 10, 12, 14 GHz
0 T T T T

_5 17

Array pattern [dB]
[N
[8)]

i ‘H ™

e

L+ —5

—

-80 -60 40 -20 0 20 40
Theta [deg]

80

Figure 6.22: Beam squinting in a linear array of 64 elements. Phase-shifter settings are optimized
at the center frequency fo =12 GHz. By using TDU units, the main beam would remain fized at
0y = 40° over the entire frequency range.

6.5.3 The effect of phase and amplitude errors

In this section we will investigate the effect of phase and amplitude errors on the radiation
characteristics of phased arrays. Errors in phase and amplitude at the output of each array element
will occur due to non-perfect electronics, mechanical tolerances and environmental changes, like
a change in temperature. Let us first consider a linear array of isotropic radiators with uniform
amplitude distribution (|ax| = 1). In addition, we will assume that the main beam of the array is
directed towards broadside (g = up = 0). This configuration is shown in Fig. Without any
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errors the array factor is now given by (see also (6.6]))

K
S(u) = Z e]ko(k—l)dxu. (654)
k=1

Let us now first determine the effect of phase errors. Lateron, we will generalize our analysis to
include amplitude errors as well. Phase errors will affect the main beam (directivity, beam width)
and the sidelobes.

As a first step we will investigate the main beam. Assume that the applied phase of each
element has an error, say J; according to a Gaussian or uniform probability density function with
mean value 0 (since we are considering the non-scanning case here first). The array factor at
u = 0 can now be written as:

K K

K
S s = Z e]kg(k—l)dzu—]dk ‘u:O — Z e 0k — Z [COS 5 — 7sin 5k] . (6.55)
k=1 k=1 k=1

Assume that ¢ is small, so the sum over the sin d; terms can be neglected, resulting in:

K K 1 1K
Sms = > cosbp~ Y {1—25,3] :K—§Z(5z, (6.56)
k=1 k=1 k=1
where we have applied a Taylor expansion of cosdi. The main beam average complex power is

given by:

o 1 K 2
Smsl? = (K 5 2513)
k=1

E _ (6.57)
1 252
= KTKY S
k=1 k,l

Assume that the variance of &), of all elements is equal 07 = 02. This implies that for large K and
small §2:

0207 = 5 < 4K,
- K
1Smsl” = K>— K 6 (6.58)
k=1
— K2 (1—?),

since the last term in can be neglected.

As a second step, we will determine the effect of phase errors on the sidelobes. Let us
assume that we are at a null of the error-free radiation pattern. For the non-scanning case the
array factor is now written as:

K K
So = 3 oIko(k—1)dau =0y _ 3 P [cos 6, — 7sin by] (6.59)
k=1 k=1
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with 8 = ko(k — 1)d,u. Since we are at a null of the error-free pattern, the cos Jj term vanishes:

K K
S = = —]Z e?Pk sin 6, ~ —]Z Pk Gy, (6.60)
k=1 k=1

We have now transformed the phase-error in an amplitude error occuring in the error-free array
pattern. The average power at a null of a sidelobe now becomes:

- K K
|SS§|2 = [Z eJﬁk(Sk] [Z 6—351511
k=1 =1

K,
= Z 61% + Z 5]45[6](/8’6*&) (6.61)
k=1 kAL

= Ké&2,

with again 5,% = 62 and we have assumed that J; and 9; are uncorrelated.
The average normalized sidelobe power due to phase errors at a null of the error-free array
pattern is now given by:

o 1SelF K2 &
S

(6.62)

From we can conclude that large arrays can tolerate much larger phase errors for a given
required sidelobe level. The is due to the fact that we have assumed the errors to be uncorrelated.

The directivity and associated antenna gain will be reduced in case of phase errors. Starting
from the definition of the directivity , we can determine the directivity in case of errors D,
of a linear array with uniform illumination with ug = 6y = 0 as:

P _ |Sm(5|2

PAT | Sieat (W) + |Ses ()|
K? (1 — 52> 1-52
=K——

D, =

- N7 _ o (6.63)
K+ K§? 1+ 62
1

14462

~
~

In 1' the average radiated power |S;geqr(u) |2 of an error-free linear array with uniform tapering
(lag] = 1) is equal to K. The normalized directivity loss then becomes:

D. _ 1 (6.64)

D 1442
since the directivity of an ideal linear array with uniform tapering is D = K.

Electronic phase shifting is commonly realized using discrete settings. Let us consider a
phase shifter with P bits. The total number of settings is 2. The incremental phase step
[radians] is:

Ay — ;% (6.65)



170 CHAPTER 6. PHASED ARRAYS AND SMART ANTENNAS

Assuming an uniformly-distributed random phase error in the range [—Awy /2, Ay /2], we find
that the variance is given by:

7 <§%>2_ m? (6.66)

12 3(22P)

Ezample: 4-bit phase shifter.

Let us consider a 4-bit phase shifter used in a linear array of K = 64 elements with uniform
tapering. The phase step is 22.5° and the corresponding maximum phase error is now +11.25°,
We now find that the variance is given by:

. 2

T 2
2 = = o) =0.0129 [rad?), (6.67)

which corresponds to an average phase error of 6.5° (rms). The average sidelobe level at a null of
the error-free pattern and the directivity loss and can be found by:

— K§2

RZ = ————=-369 [dB]
P 2(1_352 ’
K2 (1) (6.68)
D, 1
= = — = —0.0557 [dB].
D 1+ 62 48]

The corresponding radiation pattern is shown in Fig. [6.23] The ideal pattern has low sidelobes
which is achieved by using a Taylor tapering with 30 dB peak sidelobe level.

As a final step we can generalize to the case of a planar array with both amplitude and
phase errors and where the main beam is scanned towards any direction. Let us consider a planar
array with K x L elements with phase and amplitude error of element j given by ¢; and Aj,
respectively. We again will assume that the variance of the phase and amplitude errors of all
elements are identical and given by 62 and A2, respectively. It can be shown that the average
sidelobe level at a null of the error-free pattern and the directivity loss are given by:

Riz% _ 52 + AZ’

Dy (6.69)
D. 1
Dy 148 +AY

where Dy is the directivity of the array. Fig. [6.24] provides design guidelines to determine the
required amplitude and phase accuracy of the electronic circuits used in a phased array. Three
array sizes are compared with K = 64, 1024, 4096 elements.

6.5.4 Noise Figure and Noise Temperature

Let us first do a quick review of noise in microwave receivers by considering the configuration
shown in Fig. see also section[3.14] A resistor is connected to the input of an amplifier. The
maximum noise power N delivered by a resistor R operating at the environmental temperature Tj
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Figure 6.23: Effect of phase errors using 4-bit phase shifters on the radiation pattern of a linear
array with uniform taper with K = 64. The ideal pattern is designed to have a peak sidelobe level
(SLL) of 30 dB using a Taylor taper with n = 8.
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Figure 6.24: Design guidelines to determine the required accuracy of the phase shifter and variable
gain amplifier used in a phased array with K x L antenna elements. Random errors are assumed.

is N = kyToB, where k = 1.38 x 10723 J/K is Boltmann’s constant and B [Hz] is the frequency
bandwidth of the system. The amplifier is characterized by its available power gain G, and noise
figure F', which is defined as the ratio of the signal to noise ratio at the input versus the signal to
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Nk, T,B N,

Figure 6.25: Noise in microwave recetvers.
noise ratio at the output:

(%) _(eza)
P AN kyToB

() (55 670

No
GakyToB

Therefore, the additional noise AN;""" added by the amplifier seen at the input of a noise-free
amplifier with available power gain G, is now:

No - GavNi _

AN = 2o
av

(F — 1)k, Ty B. (6.71)
Now let us connect an antenna at the input of the receiver. We will assume that the noise
generated by the antenna can be considered to be white noise, so it would not depend on the
frequency within the bandwidth of interest. In this case, we can model the antenna noise as a
thermal noise source, equivalent to the case of a resistor at the input of the receiver. The noise
power N, from a single antenna element with antenna noise temperature 7, is now equal to
N, = kT, B. The antenna noise temperature can be determined by integrating the antenna gain
function of the antenna over the sky-noise distribution:

T, — ;//T(Q)G(Q)dﬁ, (6.72)

where 2 is the solid angle with d? = sin6dfd¢. Note that T, is often much lower than the
environmental temperature since we weigh the sky-noise temperature distribution 7°(Q2) with the
gain G(2) of the antenna. For example in satellite TV operating in the Ku-band (11-14 GHz), a
typical value is T, = 100 K.

Now consider a phased array with K elements with uniform amplitude taper, as illustrated
in Fig[6.26] Each antenna element is connected to a low-noise amplifier with available power gain
G4y and noise figure F'. The noise power received by a single antenna element & is N, = kpTgqB.
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Figure 6.26: Array with K elements. Fach antenna element is connected to a low-noise amplifier

with available power gain Gg, and noise figure F'.

Let us assume that Ty, = T,. The K : 1 power combiner coherently combines the antenna noise
power contributions from all elements, since (worst-case) the wanted signal and the antenna noise
could be co-located at the same spherical coordinate (ug,vg). The total output noise power due
to the antenna noise is given by:

NI = KGuuNia = kyTuBK Gay. (6.73)

a

The noise from the electronics at the input of the power combiner is given by:

N, = kJIoB(F —1)Gap. (6.74)
The transmitted noise due to the electronics at the output of the power combiner now becomes:

And as a result, the total noise at the output of the combiner will become:

NTo = KNO = kTyB(F — 1)Gap. (6.76)

The signal power at the output of the combiner is:

Sy = KGapSa, (6.77)
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where S, is the signal power received by a single array element. The signal-to-noise ratio at the
output of the combiner is therefore given by:

NI+ NTo kT,BKGay + kyToB(F — 1)Gay
Sa
kyT,B + kyToB(F —1)/K~

N

( S ) So KGuS,
out (678)

From (6.78) we can conclude that the noise performance of a phased array is identical to the
case of a single equivalent large antenna (e.g. a reflector antenna) with antenna gain equal to the
antenna gain of the phased array. The equivalent antenna is connected to a low-noise amplifier

[ ]

4
Antenna Gain =K
%D I
Ly
O/V]»
Antenna
element S%
1 2 K1 /A K
« > —
§ d N N d S,
! K1 K Gm F
o] (] o] o]

‘ Ideal noise-free K:1 power combiner ‘

Vs

Figure 6.27: Noise in a phased-array can be modelled by considering an equivalent single antenna
with the same antenna gain and connected to a single low-noise amplifier with available power
gain Gg, and noise figure F. In case of an ideal array with uniform taper the antenna gain is
equal to K.

6.6 Sparse arrays

Most application of phased-arrays do not tolerate grating lobes. In radar applications, grating
lobes would create confusion about the position of the target and it would spread the radiated
power into multiple directions. In telecommunication applications, grating lobes could allow
strong interfering signals to saturate the receiver electronics. However, some applications could
allow grating lobes to appear. An example is radio astronomy. Sparse arrays are arrays of which
the inter-element distance (ds,dy) is much larger than 0.5)g. Fig. illustrates the basic
concept of sparse arrays. Sparse array can have a regular grid or irregular grid. Fig. [6.29] shows
the radiation pattern of a linear array with K = 32 elements placed on a dense versus sparse
regular grid. The sparse array clearly has a much narrower main beam. The price to pay is the



6.6. SPARSE ARRAYS 175

Dense Array Sparse Array
dx < 0.5lambda dx > 0.5lambda

&5d oo & ho
IO O 0O i[O 000
10 0 0 0 O O
O OO O o oo

Figure 6.28: Dense reqular versus sparse irreqular arrays
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Figure 6.29: Radiation pattern of a dense regular array and sparse reqular array. A linear array
of 32 elements with uniform tapering is assumed.

appearance of several grating lobes. A way to remove the unwanted grating lobes in sparse arrays
is to use an irregular array grid. In this case the radiated power in the grating lobes is spread
out over the entire visible space. As a result, the average sidelobe level will be higher and will
depend on the amount of array elements. An example of a very efficient irregular sparse array
configuration is the sun-flower topology, as shown in Fig. [6.30 The average element distance
in both the regular and sun-flower configuration in Fig. [6.30] is about 2)¢. Fig. shows
the corresponding radiation patterns of both arrays. Clearly, the sunflower array suppresses the
grating lobes at the expense of a higher average sidelobe level. When the element distribution
in a sparse array is random or quasi-random, it can be shown that the average sidelobe level for
large arrays with K x L elements, is approximated by:

1
LL = —. (6.79)
S KL

So in case of a sparse-random array with 1000 elements, the average SLL will be -30 dB below
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Figure 6.30: Sparse reqular array (left) and sparse irreqular array (sun-flower arrangement). Both
arrays have 289 elements and have an average element spacing of about 2Aq.
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Figure 6.31: Radiation pattern in the (u,v)-plane of the sparse reqular and sun-flower array. Main
beam is scanned towards (0g, po) = (30°,0°). A uniform amplitude tapering is used. Courtesy
Yijing Zhang 2015.

the main beam gain.

6.7 Calibration of phased-arrays

Amplitude and phase errors will occur in phased-array systems. These errors can have a systematic
time-invariant nature, but can also be caused by changes in the environmental conditions, e.g.
temperature changes. Calibration must be used to correct for these errors. A schematic diagram
of a calibration concept which is often used in modern phased arrays [§] is shown in Fig. [6.32
Two types of signals can be injected into each array element: an external sigal generated by a
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Figure 6.32: Calibration principle used in phased arrays. Only element k is shown.

far-field source H ,f For a local calibration signal H. ,g“l injected via a special calibration network
within the array or by means of injection via mutual coupling with a special calibration element,
as illustrated in Fig. [6.32l The first step in the calibration procedure is to relate the received
signals at the output of each array element from a test signal of one of the calibration elements
to the received signals due to one or more incident plane waves from a far-field source. This part
of the calibration procedure is called off-line calibration, since it needs to be done only once in a
high-quality anechoic facility, e.g. by using a near-field scanner or compact antenna range. The
element calibration coefficients are calculated and stored in a look-up table. With aj the received
signal from the far-field source and b; the received signal from the calibration element, we obtain
the following calibration coefficients in our look-up table:

HFF Hcom HFF
o = Sk _ Tk Tk _ Tk (6.80)

- cal rrcom cal *
be | HETHeom  He

The second step is to measure the amplitude and phase at the output of each array element due
to a signal from one of the calibration elements. This part is called on-line calibration, since it
can be done while the system is operation in the application environment. The measured signal
from the calibration element is now:

by = H Hpo™, (6.81)

By combining the results from both calibration steps, we can re-construct the signal transfer from
a far-field source to array element k:

- - HEFF -
ar, = H{" H{™ = H" HE™ (H%al> = by, Ch- (6.82)
Phased arrays often consist of many elements, e.g. common values are 1024 and 4096 elements.
Therefore, the on-line calibration could take a lot of time. Several techniques have been pro-
posed in literature to overcome this problem. An example is the multi-element phase togging
(MEP) technique [8], in which the FFT principle is used to calibrate groups of array elements
simultaneously.
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6.8 Focal-plane arrays

A major draw-back of phased-arrays is the large amount of individual antenna elements and
associated electronic circuits that is required, leading to high cost and high power consumption.
However, several applications do require a high antenna gain, but do not require a very wide
scan-range, instead these applications only use a limited field-of-view (FoV). In this case, the
hybrid concept of focal-plane arrays (FPAs) is very interesting. FPAs combine the benefits of
phased-arrays and traditional reflector-based solutions by offering a high antenna gain, relative
low costs and electronic beam scanning over a limited FoV. Therefore, FPAs have already become
an interesting alternative for conventional horn-fed reflector antennas in a number of applications,
e.g. in radio astronomy and in satellite communication. Moreover, emerging applications such as
point-to-point wireless communications, 5G new-radio millimeter-wave (mm-wave) wireless and
low-cost Ka-band multi-function radars could be areas in which FPAs can play a major role.
Fig. [6.33| shows the concept of a basic FPA system. A phased-array feed (PAF) is placed in the
focal-plane in front of a parabolic reflector antenna with diameter D and focal length F. When
an incident plane wave illuminates the reflector, the location of the beam focus moves along the
phased-array feed depending on the scan-angle. Therefore, for each scan angle a limited number of
array elements will be active at the same time. The antenna gain of a FPA is mainly determined
by the size of the reflector and not by the number of array elements in the PAF. In this way, a
high antenna gain can be realized with electronic beam-scanning capabilities. For large F'/D ratio

Focused
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Scanning mode
wave incident
[}
|
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or aperture radius

(2) (b)

Figure 6.33: Focal-plane array (FPA) concept in which a phased-array feed is placed in the focal-
plane in front of a parabolic reflector antenna, from [{3]. When an incident plane wave illuminates
the reflector, the location of the beam focus moves along the phased-array feed with varying angle
of incidence.

and small scan angles the electric field distribution in the focal plane of a prime-focus parabolic
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reflector antenna can be approximated by:

2J1 (ko’r‘ sin \I’Q) (683)

E =
(T) /{:07" sin ‘1/0

where J; is the Bessel function of the first kind with order 1, ¥y = 7/4, the subtended angle of
the reflector, kg is the free-space wavenumber and r is the distance from the center of the focal
plane (aperture radius), see Fig. The field distribution in the focal plane is illustrated in
the example of Fig. in case of broadside incidence of a plane wave. The rings in the field
distribution are also known as Airy rings. We can clearly see that only a limited number of array
elements will be active simultaneously for a particular angle of incidence (scan angle). In case of
scanning, the pattern will shift along the focal plane. The aperture efficiency 7 as a function of
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Figure 6.34: (a) Focal-plane array illuminated by a plane wave (broadside incidence), (b) Field
distribution in the focal plane according to for a classical prime focus parabolic reflector
with F/D = 0.6 and f = 30 GHz. Dimensions in focal plane in [m]. Figure from []3].

the radius of the PAF feed 7, of the FPA can be determined by integrating the electric field in
the focal plane and normalize it to the total power P, obtained by the reflector:

2w Tp

iy = o [ [1E)Pdrdo, (6:54)
00

P, tot

More details on the scanning capabilities and limitations can be found in [43], [44].
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Appendix A

Vector calculus and coordinate
systems

A.1 Vector algebra

a-b=0b-a,

G- (bx&)=b-(Gxa) =c-(@xb),
d’xg:—(gxd’),

ix (bxd) = (@ &b—(a-b)e

A.2 Vector operations in rectangular (Cartesian) coordinates

A = G,A, + 0yA, + A,

ov ov ov
VU = gradV¥ = u,— + ﬁyﬁi + Ay —
Y

Ox 0z’
- . o O0A, 0A, O0A,
V-A = divA= o + 3y + R
Uy Uy Uy
_ (8AZ B %> L <8Ax B 8Az)
VxA = culd=| 9 9 9 Oy 0z "oz Oz
oxr Oy 0z L 0A, 0A,
uz(i - )7
Ox oy
A, A, A,

ViU =
VA = @, VA, + @, V2A, + 0, V?A,.
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A.3

APPENDIX A. VECTOR CALCULUS AND COORDINATE SYSTEMS

Figure A.1: Rectangular coordinate system with ¥ = xi, + yi, + 2.

Vector operations in cylindrical coordinates

Figure A.2: Cylindrical coordinate system with x = pcos¢, y = psin¢, z = z.

ov 10w ov
V=i, g o+
.19 104,  OA,
A=Y 0ayL 2 900
v p@p(r p)+pa¢+az,
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Vxd=i, [1 0A. aAﬂ i, [aA,, 94, ) A,

1
)06 0 T o]+ [
10 ov 1 020 9?0
- (%)Uw*m

A.4 Vector operations in spherical coordinates

Figure A.3: Spherical coordinate system with x = rsinflcos¢, y = rsinfsing, z = rcosf and
dS = r?sin0dfdo = r?dQ, where dQ) = sin 0d0d¢ and ) is the solid angle.

AVA/; i 87\11 + 7 187\11 + 7 L 87\11
“ e T 90 T Y sing 0p’
- 1 0 1 0 1 0A
A== = 2Ar —(sinfA i}
v r2 6r(r )+ rsiné ae(smg o)+ rsing 0¢ ’

P 1 g, . Ay
Vx A=t {89(51n9A¢) _%} +
[ 1 1o SL[D
1o [rsin@ oo r 8r(r ¢)] T Ue {ar(r 0) a0 |
1 0 ov 1 9 OU 1 52w
2\:[/_( 2 ) 20 ( ' ) r2sin2 6 0¢2
v 2 or \" ar + r2sin@ 06 sm&ag T 128in2 0 9¢2

A.5 Commonly used vector products

il X ilp = iy,
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17:7« X ﬁ¢ = —ﬁg,

ﬁg Xﬁqg:ﬁr.

Uy X Uy = g cos b cos ¢ + g sin @,
Uy X Uy = g cos f sin ¢ — g cos @,

Uy X U, = —Ugsind.

Uy X Uy X Uy = Ugsin ¢ — g cos O cos ¢,
Uy X Uy X Uy = —1g CcOS P — g cos 0 sin @,

Uy X Uy X Uy = Upsinb.

Uy - Tp = T sin b cos ¢ + yo sin fsin ¢ = zou + yov, when 7y = (x0, Yo, 0)

u = sinf cos ¢, v = sin 6 sin ¢.

Uy = Uy sin 6 cos ¢ + iy cos 0 cos ¢ — 1y sin @,
tly = 1y, sin 6 sin ¢ + iy cos 6 sin ¢ + iy cos @,
U, = U, cosf — iysinb,

Uy = Uy sin 6 cos ¢ + 1y sin O sin ¢ + U, cos 0,
Uy = 1y cos 0 cos ¢ + 1y cos O sin ¢ — 0, sin 0,

Uy = —1y sin ¢ + 1y cos ¢.

A.6 Vector identities

V(@+T) = VO+V,
V- (A+B) = V-A+V.B,
Vx(A+B) = VxA+VxB.

U) = OV + UV,
V- (®A) = OV-A+A-VO,
Vx(®A) = dVXxA-AxVD.

V(A-B) = (B-V)A+(A-V)B+Bx (VxA) +Ax(VxB),
V- (A x B) B-(VxA) —A-(VxB),
Vx(AxB) = (B-V)A—(A-V)B—B(V-A)+A(V-B)

VA = VV-A-VxVxA4,

SRS
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