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Abstract

The goal of this paper is to characterize function distributions that deep learning can or
cannot learn in poly-time. A universality result is proved for SGD-based deep learning and a
non-universality result is proved for GD-based deep learning; this also gives a separation between
SGD-based deep learning and statistical query algorithms:

(1) Deep learning with SGD is efficiently universal. Any function distribution that can be
learned from samples in poly-time can also be learned by a poly-size neural net trained with
SGD on a poly-time initialization with poly-steps, poly-rate and possibly poly-noise.

Therefore deep learning provides a universal learning paradigm: it was known that the
approximation and estimation errors could be controlled with poly-size neural nets, using ERM
that is NP-hard; this new result shows that the optimization error can also be controlled with
SGD in poly-time. The picture changes for GD with large enough batches:

(2) Result (1) does not hold for GD: Neural nets of poly-size trained with GD (full gradients
or large enough batches) on any initialization with poly-steps, poly-range and at least poly-noise
cannot learn any function distribution that has super-polynomial cross-predictability, where the
cross-predictability gives a measure of “average” function correlation — relations and distinctions
to the statistical dimension are discussed. In particular, GD with these constraints can learn
efficiently monomials of degree k if and only if &k is constant.

Thus (1) and (2) point to an interesting contrast: SGD is universal even with some poly-noise
while full GD or SQ algorithms are not (e.g., parities). This thus gives a separation between
SGD-based deep learning and SQ algorithms. Finally, we complete these by showing that the
cross-predictability also impedes SGD once larger amounts of noise are added on the initialization
and gradients, or when sufficiently few weight are updating per time step (as in coordinate
descent).
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1 Introduction

1.1 Context and this paper

It is known that the class of neural networks (NNs) with polynomial network size can express
any function that can be implemented in a given polynomial time [Par94, Sip06], and that their
sample complexity scales polynomially with the network size [AB09]. Thus NNs have favorable
approximation and estimation errors. The main challenge is with the optimization error, as there is
no known efficient training algorithm for NNs with provable guarantees, in particular, it is NP-hard
to implement the ERM rule [KS09, DSS16]. The success behind deep learning is to train deep NNs
with stochastic gradient descent or the like; this gives record performances! in image [KSH12], speech
[HDY " 12], document recognitions [LBBH98] and increasingly more applications [LBH15, GBC16].
This raises the question of whether SGD complements neural networks to a universal learning
paradigm [SSBD14], i.e., capable of learning efficiently any efficiently learnable function distribution.

(i) This paper answers this question in the affirmative. It is shown that training poly-size neural
nets with SGD in poly-steps allows one to learn any function distribution that is learnable by some
algorithm running in poly-time with poly-many samples. This part is resolved using a specific
non-random net initialization that is implemented in poly-time and not dependent on the function
to be learned, and that allows to emulate any efficient learning algorithm under SGD training.

(i) We further show that this positive result is achieved with some robustness to noise: polynomial
noise can be added to the gradients and weights can be of polynomial precision and the result
still holds. Therefore, in a computational theoretic sense, deep learning gives a universal learning
framework.

(iii) This positive result is also put in contrast with the following one: the same universality
result does not hold when using full gradient descent or large enough batches?, due to the existence
of efficiently learnable function distribution having low cross-predictability (see definitions below).
This also creates a separation between deep learning and statistical query (SQ) algorithms, which
cannot afford such noise-robustness on function classes having high statistical (see more below).

In a practical setting, there may be no obvious reason to use the SGD replacement to a general
learning algorithm, but this universality result shows that negative results about deep learning
cannot be obtained without further constraints.

To obtain negative results about GD, we show that GD cannot learn in poly-steps and with
poly-noise certain function distributions that have a low cross-predictability (a measure of average
function correlation defined in Section 1.3). This is similar to the type of negative results that
SQ algorithms provide, except for the differences that our results apply to statistical noise, to a
weaker learning requirement that focuses on an average-case rather than worst-case guarantee on
the function class, and to possibly non-statistical queries as in SGD (with an account given on the
batch size dependencies). We refer to Section 3.2 for further discussions on SQ algorithms and
statistical dimension, as well as to [Boil9] for further comparisons. Note that the dependency on
the batch size is particularly important: with batch-size 1, we show that SGD is universal, and this
breaks down as the batch size gets polynomial.

Therefore, while SGD can be viewed as a surrogate to GD that is computationally less expensive
(but less effective in convex settings), SGD turns out to be universal while GD is not. Note the

"While deep learning operates in an overparametrized regime, and while SGD optimizes a highly non-convex
objective function, the training by SGD gives astonishingly low generalization errors for these types of signals.

2Some of the negative results presented here appeared in a preliminary version of the paper [AS18]; a few changes
are obtained in the current version, with in particular the dependency in the batch size for the negative result on GD.
This allows to show that as the GD queries become more random (smaller batches), the negative result breaks down.



stochasticity of SGD has already been advocated in different contexts, such as stability, implicit
regularization or to avoid bad critical points [HRS16, ZBH"16, PP17, KLY18].

As mentioned earlier, the amount of noise under which SGD can still learn in our positive result
is large enough to break down not only GD, but more generally SQ algorithms. For example, our
positive result shows that SGD can learn efficiently parities with some poly-noise, while GD or SQ
algorithms break down in such cases. Note that parities were also known to be hard as far back as
Minsky and Papert for the perceptron [MP87], and our positive result requires indeed more than a
single hidden layer to succeed.

Thus deep nets trained with SGD can be more powerful for generalization than deep nets trained
with GD or than SQ algorithms.

To complement the story, we also obtain negative results about SGD under low cross-predictability
if additional constraints are added on the number of weights that can be updated per time steps (as
in coordinate descent), or when larger amounts of noise are added on the initialization and on the
gradients.

Informal results are discussed in Section 1.3 and formal definitions and results are given in
Section 2.

1.2 Problem formulations and learning objectives

We focus on Boolean functions to simplify the setting. Since it is known that any Boolean function
that can be computed in time O(T(n)) can also be expressed by a neural network of size O(T(n)?)
[Par94, Sip06], it is not meaningful to ask whether any such function fy can be learned with a
poly-size NN and a descent algorithm that has degree of freedom on the initialization and knowledge
of fo; one can simply pre-set the net to express fy. Two more meaningful questions that one can
ask are:

1. Can one learn a given function with an agnostic/random? initialization?

2. Can one learn an unknown function from a class or distribution with some choice of the
initialization?

For the second question, one is not give a specific function fy but a class of functions, or more
generally, a distribution on functions.

We focus here mainly on question 2, which gives a more general framework than restricting
the initialization to be random. Moreover, in the case of symmetric function distributions, such as
the parities discussed below, failure at 2 implies failure at 1. Namely, if we cannot learn a parity
function for a random selection of the support S (see definitions below), we cannot learn any given
parity function on a typical support Sy with a random initialization of the net, because the latter
is symmetrical. Nonetheless, question 1 may also be interesting for applications, as random (or
random-like) initializations may be used in practice. We discuss in Section 1.3 how we expect that
our results and the notion of cross-predictability export to the setting of question 1.

We thus have the following setting:

e Let D= {+1,—1} and X = D" be the data domain and let Y = {+1, —1} be the label domain.
We work with binary vectors and binary labels for convenience (several of the results extend
beyond this setting with appropriate reformulation of definitions).

3A random initialization means i.i.d. weights as discussed in Section 1.3.



e Let Py be a probability distribution on the data domain X and Pr be a probability distribution
on Y¥ (the set of functions from X to ))). We also assume for convenience that these
distributions lead to balanced classes, i.e., that P(F(X)=1) =1/2+ 0,(1) when (X, F) ~
Py x Pr (non-balanced cases require adjustments of the definitions).

e Our goal is to learn a function F' drawn under Pr by observing labelled examples (X,Y") with
X ~ Py, Y = F(X).

e In order to learn F' we can train our algorithm on labelled examples with a descent algorithm
starting with an initialization f(® and running for a number of steps T = T'(n) (other
parameters of the algorithm such as the learning rate are also specified). In the case of GD,
each step accesses the full distribution of labelled examples, while for SGD, it only accesses
a single labelled example per step (see definitions below). In all cases, after the training
with (f(o),T), the algorithm produces an estimator Ff(o),T of F. In order to study negative
results, we will set what is arguably the least demanding learning requirement: we say that
‘typical-weak learning’ is solvable in T time steps for the considered (Py, Pr), if a net with
initialization f(©) can be constructed such that:

A

Typical-weak learning: P(Fo) ¢(X) = F(X)) =1/2+ Qp(1), (1)

where the above probability is over (X, F') ~ (Py X Pr) and any randomness potentially used
by the algorithm. In other words, after training the algorithm on some initialization, we can
predict the label of a new fresh sample from Py with accuracy strictly better than random
guessing, and this takes place when the unknown function is drawn under Pr.

Failing at typical-weak learning implies failing at most other learning requirements. For example,
failing at typical weak learning for a uniform distribution on a certain class of functions implies
failing at PAC learning that class of functions. However, for our positive results with SGD, we
will not only show that one can typically weakly learn efficiently any function distribution that is
typically weakly learnable, but that we can in fact reproduce whatever accuracy an algorithm can
achieve for the considered distribution. To be complete we need to define accuracy and typical weak
learning for more general algorithms:

Definition 1. Let n > 0, Py be a probability distribution on X = D™ for some set D, and Pr be a
probability distribution on the set of functions from X to {+1,—1}. Assume that these distributions
lead to balanced classes, i.e., P(F(X)=1) =1/2+ 0,(1) when (X, F) ~ Py x Pr.

Consider an algorithm A that, given access to an oracle that uses Py and F ~ Pr (e.g.,
samples under Py labelled by F'), outputs a function F. Then A learns (Pr, Py) with accuracy o
if P{F(X) = F(X)} > «, where the previous probability is taken over (X, F) ~ Py x Pr and any
randomness potentially used by F. In particular, we say that A (typically-weakly) learns (Pr, Px) if
it learns (Pr, Px) with accuracy 1/2 + Q,(1).

From now on we often shorten ‘typical-weak learning’ to simply ‘learning’. We also talk about
learning a ‘function distribution’ or a ‘distribution’ when referring to learning a pair (Px, Pr).

Example. The problem of learning parities corresponds normally to Py being uniform on
{+1, —1}" and Pr being uniform on the set of parity functions defined by P = {ps : s C [n]}, where
ps : {+1,—1}" = {+1, -1} is such that p(z) = [[;c, zi- So nature picks S uniformly at random
in 20" and with knowledge of P but not S, the problem is to learn which set S was picked from
samples (X, pg(X)).



1.3 Informal results: Cross-predictability, junk-flow and universality

Definition 2. For a positive integer m, a probability measure Py on the data domain X, and
a probability measure Pr on the class of functions F from X to Y = {+1,—1}, we define the
cross-predictability by

CPm(Px, Pr) == E(xm pr~ppxPrxPr (Ex~pPym F(X)F'(X))?, (2)

where X™ = (X1,...,Xy;) has i.i.d. components under Py, F,F’ are independent of X™ and
i.i.d. under Pr, and X is drawn independently of (F,F') under the empirical measure of X™, i.e.,
Pxm = L5 Sy,

Note the following equivalent representations:

CPy(Py, Pr) =+ <1 - ;) CPoc(Pr, Pr), (3)
where
CPos(Px, Pr) = Epprapy (Ex~py F(X)F'(X))? (4)
= Ex,xnpy (Epep, F(X)F(X'))? (5)
= [[EFF(F)®*|l3 (6)

and F(F) is the Fourier-Walsh transform of F' with respect to the measure Py.

This measures how predictable a sampled function is from another one on a typical data point,
or equivalently, how predictable a sampled data label is from another one on a typical function. The
data point is drawn either from the true distribution or the empirical one depending on whether m
is infinity or not, and m will refer to the batch-size in the GD context (i.e., how many samples are
used to compute gradients). Equivalently, this measures the typical correlation among functions.
For example, if Py is a delta function, then CP, achieves the largest possible value of 1, and for
purely random input and purely random functions, CP, is 27", the lowest possible value.

Our negative results primarily exploit a low cross-predictability (CP). We obtain the following
lower bound on the generalization error® of the output of GD with noise o and batch-size m,

11 1 /4
genZ—-JF-<+CPOO> (7)
2 o m
where JF is the junk flow, a quantity that does not depend on F' and Pr but that depends on
the net initialization, and that consists of the accumulation of gradient norm when GD is run on

randomly labelled data (i.e., junk labels; see Definition 6):

T
IF =Y wllEx,z VEIwe (Xi, Zi)ll2 )
i=1

In particular, no matter what the initialization is, JF and 1/0 are polynomial if the neural net, the
GD hyper-parameters (including the range of derivatives) and the time steps are all polynomial.
Thus, if the batch-size is super-polynomial (or a large enough polynomial) and the CP is inverse-super-
polynomial (or a low enough polynomial), no matter what the net initialization and architecture

“Here gen is 1 minus the probability of guessing the right label, i.e., the complement of (1).



are, we do not generalize. This implies that full gradient does not learn, but SGD may still learn as
the right hand side of (7) does no longer tend to 1/2 when m = 1. In fact, this is no coincidence as
we next show that SGD is indeed universal.

Namely, for any distribution that can be learned by some algorithm in poly-time, with poly-many
samples and with accuracy «, there exists an initialization (which means a neural net architecture
with an initial assignment of the weights) that is constructed in poly-time and agnostic to the
function to be learned, such that training this neural net with SGD and possibly poly-noise learns
this distribution in poly-steps with accuracy a — o(1). Again, this does not take place once SGD is
replaced by full gradient descent (or with large enough poly batches), or once SQ algorithms are
used.

Example. For random degree-k monomials and uniform inputs, C' Py < (Z)fl. Thus, GD with
the above constraints can learn random degree k£ monomials if and only if & = O(1). The same
outcome takes place for SQ algorithms. Other examples dealing with connectivity of graphs and
community detection are discussed in Section 4.

The main insight for the negative results is that all of the deep learning algorithms that we
consider essentially take a neural net, attempt to compute how well the functions computed by the
net and slightly perturbed versions of the net correlate with the target function, and adjust the net
in the direction of higher correlation. If none of these functions have significant correlation with the
target function, this will generally make little or no progress. More precisely, if the target function
is randomly drawn from a class with negligible cross-predictability, and if one cannot operate with
noiseless GD, then no function is significantly correlated with the target function with nonnegligible
probability and a descent algorithm will generally fail to learn the function in a polynomial time
horizon.

Failures for random initializations. Consider the function fs(x) = [];c, x: for a specific
subset s of [n]. One can use our negative result for function distributions on any initialization, to
obtain a negative result for that specific function fs on a random initialization. For this, construct
the ‘orbit’ of fs, {fs : S C [n]}; put a measure on subsets S such that s belongs to the typical
set for that measure, i.e., the i.i.d. Ber(p) measure such that np = |s|. Then, if one cannot learn
under this distribution with any initialization, one cannot learn a typical function such as fs with a
random i.i.d. initialization due to the symmetry of the model.

We also conjecture that the cross-predictability measure can be used to understand when a
given function h cannot be learned in poly-time with GD/SGD on poly-size nets that are randomly
initialized, without requiring the stronger negative result for all initializations and the argument of
previous paragraph.

Namely, define the cross-predictability between a target function and a random neural net as

Pred(PX, h, HNN) = Eg(EXh(X)evaIG,f(X))Q, (9)

where (G, f) is a random neural net under the distribution uyy, i.e., f is a fixed non-linearity, G is
a random graph that consists of complete bipartite® graphs between consecutive layers of a poly-size
NN, with weights i.i.d. centered Gaussian of variance equal to one over the width of the previous
layer, and X ~ Py is independent of G. We then conjecture that if such a cross-predictability decays
super-polynomially, training such a random neural net with a polynomial number of steps of GD or
SGD will fail at learning even without noise or memory constraints. Again, as mentioned above, if
the target function is permutation invariant, it cannot be learned with a random initialization and
noisy GD with small random noise. So the claim is that the random initialization gives already
enough randomness in one step to cover all the added randomness from noisy GD.

®One could consider other types of graphs but a certain amount of randomness has to be present in the model.



2 Results

2.1 Definitions and models

In this paper we will be using a fairly generic notion of neural nets, simply weighted directed
acyclic graphs with a special set of vertices for the inputs, a special vertex for the output, and a
non-linearity at the other vertices. The formal definition is as follows.

Definition 3. A neural net is a pair of a function f : R — R and a weighted directed graph G
with some special vertices and the following properties. First of all, G does not contain any cycle.
Secondly, there exists n > 0 such that G has exactly n + 1 vertices that have no edges ending at
them, vy, v1,...,Un. We will refer to n as the input size, vg as the constant verter and vy, va,..., Uy
as the input vertices. Finally, there exists a vertex vy such that for any other vertex v', there is a
path from v' to vou in G. We also denote by w(G) the weights on the edges of G.

Definition 4. Given a neural net (f, G) with input size n, and x € R™, the evaluation of (f,G) at
x, written as eval (s q)(x) (or eval(q)(z) if f is implicit), is the scalar computed by means of the

following procedure: (1) Define y € RICI where |G| is the number of vertices in G, set Yuo = 1, and

/

set y,, = x; for each i; (2) Find an ordering vy, ..., vl of the vertices in G other than the constant

vertex and input vertices such that for all 5 > i, there is not an edge from vé- to v,; (8) For each
1<i< m, set yv,{ = f (Zv:(v,vé)eE(G) wv,vgyv> 5 (4) Return Yvout -

We will also sometimes use a shortcut notation for the eval function; for a neural net G with a
set of weights W, we will sometimes use® W (x) for evalg(z).

The trademark of deep learning is to do this by defining a loss function in terms of how much
the network’s outputs differ from the desired outputs, and then using a descent algorithm to try
to adjust the weights based on some initialization. More formally, if our loss function is L, the
function we are trying to learn is h, and our net is (f, G), then the net’s loss at a given input z is
L(h(z) — eval(f,y(v)) (or more generally L(h(z),evalsq)(z))). Given a probability distribution
for the function’s inputs, we also define the net’s expected loss as E[L(h(X) — eval(f,q)(X))].

We will focus in this paper on GD, SGD, and for one part on block-coordinate descent, i.e.,
updating not all the weights at once but only a subset based on some rule (e.g., steepest descent).
We will also consider noisy versions of some of these algorithms. This would be the same as the
noise-free version, except that in each time step, the algorithm independently draws a noise term
for each edge from some probability distribution and adds it to that edge’s weight. Adding noise is
sometimes advocated to help avoiding getting stuck in local minima or regions where the derivatives
are small [GHJY15], however it can also drown out information provided by the gradient.

Remark 1. As we have defined them, neural nets generally give outputs in R rather than {0, 1}.
As such, when talking about whether training a neural net by some method learns a given Boolean
function, we will implicitly be assuming that the output of the net on the final input is thresholded
at some predefined value or the like. None of our results depend on exactly how we deal with this
part (one could have alternatively worked with the mutual information between the true label and the
real-valued output of the net).

We want to answer the question of whether or not training a neural net with these algorithms is
a universal method of learning, in the sense that it can learn anything that is reasonably learnable.
We next recall what this means.

SThere is an abuse of notation between W (G) and W(X) but the type of input in W () makes the interpretation
clear.



Definition 5. Let n > 0, € > 0, Py be a probability distribution on {0,1}", and Pr be a probability
distribution on the set of functions from {0,1}" to {0,1}. Also, let Xy, X1,... be independently
drawn from Px and F' ~ Pr. An algorithm learns (Pr, Py) with accuracy 1/2+¢€ in T time steps if
the algorithm is given the value of (X;, F(X;)) for each i < T and, when given the value of Xp ~ Py
independent of F, it returns Yp such that P[F(Xr) =Yr] > 1/2 +e.

Algorithms such as SGD (or Gaussian elimination from samples) fit under this definition.
For SGD, the algorithm starts with an initialization W(® of the neural net weights, and up-
dates it sequentially with each sample (X;, F(X;)) as W) = g(X;, F(X;), WD) .= w1 _
¥V L(evaly, -1y (X;), F(X;)), € [T — 1]. It then outputs Y7 = evaly, 1) (X7).

For GD however, in the idealized case where the gradient is averaged over the entire sample
set, or more formally, when one has access to the exact expected gradient under Py, we are not
accessing samples as in the previous definition. We then talk about learning a distribution with an
algorithm like GD under the following more general setup.

Definition 6. Let n > 0, € > 0, Py be a probability distribution on {0,1}", and Pr be a probability
distribution on the set of functions from {0,1}" to {0,1}. An algorithm learns (Pr, Px) with accuracy
1/2+e¢, if given the value of X ~ Py independent of F', it returns Y such that P[F(X) =Y] > 1/2+e.

Obviously the algorithm must access some information about the function F to be learned.
In particular, GD proceeds successively with the following (F, Py)-dependent updates W =
Ex~ryg(X, F(X), WD) for i € [T — 1] for the same function g as in SGD.

Recall also that we talk about “learning parities” in the case where Pr picks a parity function
uniformly at random and Py is uniform on {+1,—1}", as defined in Section 4.1.

Definition 7. For each n > 0, let’ Py be a probability distribution on {0,1}", and Pr be a
probability distribution on the set of functions from {0,1}" to {0,1}. We say that (Pr, Py) is
efficiently learnable if there exists € > 0, N > 0, and an algorithm with running time polynomial
in n such that for alln > N, the algorithm learns (Pr, Px) with accuracy 1/2 + €. In the setting
of Definition 5, we further say that the algorithm takes a polynomial number of samples (or has
polynomial sample complezity) if the algorithm learns (Pr, Py) and T is polynomial in n. Note
that an algorithm that learns in poly-time using samples as in Definition 5 must have a polynomial
sample complexity as well as polynomial memory.

2.2 Positive results

We show that if SGD is initialized properly and run with enough resources, it is in fact possible to
learn efficiently and with polynomial sample complexity any efficiently learnable distribution that
has polynomial sample complexity.

Theorem 1. For each n > 0, let Py be a probability measure on {0,1}", and Pr be a probability
measure on the set of functions from {0,1}" to {0,1}. Also, let Ber(1/2) be the uniform distribution
on {0,1}. Next, define o = au, such that there is some algorithm that takes a polynomial number of
samples (X;, F(X;)) where the X; are i.i.d. under Py, runs in polynomial time, and learns (Pr, Py)
with accuracy ae. Then there exists v = o(1), a polynomial-sized neural net (G, ¢), and a polynomial
T, such that using stochastic gradient descent with learning rate v to train (Gp, ¢) on T, samples
(Xi, Ri, RY), F(X;)) where (X, Ri, R}) ~ Px x Ber(1/2)? learns (Pr, Py) with accuracy o — o(1).

"Note that these are formally sequences of distributions.



Remark 2. One can construct in polynomial time in n a neural net (¢, g) that has polynomial size
in n such that for a learning rate v that is at most polynomial in n and an integer T that is at most
polynomial in n, (¢,g) trained by SGD with learning rate v and T time steps learns parities with
accuracy 1 — o(1). In other words, random bits are not needed for parities, because parities can
be learned from a deterministic algorithms which can use only samples that are labelled 1 without
producing bias.

Further, previous result can be extended when sufficiently low amounts of inverse-polynomial
noise are added to the weight of each edge in each time step. More formally, we have the following
result.

Theorem 2. For eachn > 0, let Py be a probability measure on {0,1}", and Pr be a probability
measure on the set of functions from {0,1}" to {0,1}. Also, let By o be the uniform distribution on
{0,1}, t, be polynomial in n, and § € [—1/n%t,,1/nt,]t»*IEG) ¢() ¢ {0,1}". Neat, define ay,
such that there is some algorithm that takes t, samples (x;, F(x;)) where the x; are independently
drawn from Py and F ~ Pr, runs in polynomial time, and learns (Pr, Py) with accuracy c. Then
there exists v = O(1), and a polynomial-sized neural net (Gy, f) such that using perturbed stochastic
gradient descent with noise §, learning rate vy, and loss function L(z) = 2% to train (Gy, f) on t,
samples® ((2z; —1,2r; — 1),2F (x;) — 1) where (x;,7;) ~ Px x By 5 learns (Pr, Px) with accuracy
a—o(l).

While the learning algorithm used does not put a bound on how high the edge weights can get
during the learning process, we can do this in such a way that there is a constant that the weights
will never exceed. Furthermore, instead of emulating an algorithm chosen for a specific distribution,
we could, for any ¢ > 0, emulate a metaalgorithm that learns any distribution that is learnable
by an algorithm working with an upper bound n¢ on the number of samples and the time needed
per sample. Thus we could have an initialization of the net that is polynomial and agnostic to the
specific distribution (Pr, Py) (and not only the actual function drawn from Pr) as long as this one
is learnable with the above n¢ constraints, and SGD run in poly-time with poly-many samples and
possibly inverse-poly noise will succeed in learning. This is further explained in Remark 16.

2.3 Negative results

We saw that training neural nets with SGD and polynomial parameters is universal in that it can
learn any efficiently learnable distribution. We now show that this universality is broken once
full gradient descent is used, or once larger noise on the initialization and gradients are used, or
once fewer weights are updated as in coordinate descent. For this purpose, we look for function
distributions that are efficiently learnable by some algorithm but not by the considered deep learning
algorithms.

2.3.1 GD with noise

Definition 8 (Noisy GD with batches). For each n > 0, take a neural net of size |E(n)|, with any
differentiable’ non-linearity and any initialization of the weights W, and train it with gradient
descent with learning rate ¢, any differentiable loss function, gradients computed at each step from

8The samples are converted to take values in +1 for consistency with other sections.

90ne merely needs to have gradients well-defined.
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m fresh samples from the distribution Py with labels from F, a derivative range'” of A, additive
Gaussian noise of variance o2, and T steps, i.e.,

WO = WD —yExop, [VLVED(X), F(X) T2 =1 (10)

where {Z(t)}te[T] are i.i.d. N'(0,0%) (independent of other random variables) and {S(t)}te[T} are
i.i.d. where S® = (X{t), .. ,X,(é)) has i.i.d. components under Py.

Definition 9 (Junk Flow). Using the notation in previous definition, define the junk flow of an
initialization WO with data distribution Py, T steps and learning rate {theeir) by

T
JF = JEWO, Py, T, {yi}rer) = > w|Exy VLW (X),Y)] a2 (11)
t=1

where (X,Y) ~ Py x Uy, W = WO and W = Wi — yExy (VLD (X), Y)} L2,
t € [T]. That is, the junk flow is the power series over all time steps of the norm of the expected

gradient when running noisy GD on junk samples, i.e., (X,Y) where X is a random input under
Py andY s a (junk) label that is independent of X and uniform.

Theorem 3. Let Py with X = D" for some finite set D and Pr such that the output distribution is
balanced,'! i.e., P{F(X) =0} = P{F(X) = 1}+o0,(1) when (X, F) ~ Py x Pr. Recall the definitions
of cross-predictability CP,, = CP(m, Py, Pr) and junk-flow JFr = JE(W©) Py, S, e eerm)-
Then,

PIWM(X) = F(X)} <1/2 + 1 JFr - CPL/A (12)
(o

<1/24 L 3P (1/m+ CP)YA (13)
g

Corollary 1. If the derivatives of the gradient have an overflow range of A and if the learning rate
1s constant at vy, then

JFT < ryT \% |E|Aa

and a deep learning system as in previous theorem with M := max(vy, %, A, |E|,T) polynomial in n
cannot learn under (Px, Pr) if CP,, decays super-polynomially in n (or more precisely if CP,@I/4 18
a larger polynomial than M ).

Corollary 2. A deep learning system as in previous theorem with max(vy, %, A, |E|,T) polynomial
inn can learn a random degree-k monomial with full GD if and only if k = O(1).

The positive statement in the previous corollary uses the fact that it is easy to learn random
degree-k parities with neural nets and GD when £ is finite, see for example [Bam19] for a specific
implementation.

10We call the range or the overflow range of a function to be A if any value of the function potentially exceeding A
(or —A) is rounded at A (or —A).

" Non-balanced cases can be handled by modifying definitions appropriately.
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Remark 3. We now argue that in the results above, all constraints are qualitatively needed. Namely,
the requirement that the cross predictability is low is necessary because otherwise we could use an
easily learnable function. Without bounds on |E| we could build a net with sections designed for
every possible value of F, and without a bound on T we might be able to simply let the net change
haphazardly until it stumbles upon a configuration similar to the target function. If we were allowed
to set an arbitrarily large value of v we could use that to offset the small size of the function’s effect
on the gradient, and if there was no noise we could initialize parts of the net in local maxima so
that whatever changes GD caused early on would get amplified over time. Without a bound on A we
could design the net so that some edge weights had very large impacts on the net’s behavior in order
to functionally increase the value of ~y.

In the following, we apply our proof technique from Theorem 3 to the specific case of parities,
with a tighter bound obtained that results in the term C'P/2 rather than CP/*. The following
follows from this tighter version.

Theorem 4. For each n > 0, let (f,g) be a neural net of polynomial size in n. Run gradient
descent on (f,g) with less than 27/10 time steps, a learning rate of at most 210, Gaussian noise
with variance at least 2719 and overflow range of at most 2"/10 . For all sufficiently large n, this
algorithm fails at learning parities with accuracy 1/2 + 9—n/10,

See Section 3.2 for more details on how the above compares to [Kea98]. In particular, an
application of [Kea98] would not give the same exponents for the reasons explained in 3.2. More
generally, Theorem 3 applies to low cross-predictability functions which do not necessarily have
large statistical dimension — see Section 3 for examples and further details. In the other cases the
SQ framework gives the relevant qualitative bounds.

Remark 4. Note first that having GD run with a little noise is not equivalent to having noisy
labels for which learning parities can be hard irrespective of the algorithm used [BK W03, Reg05]. In
addition, the amount of noise needed for GD in the above theorem can be exponentially small, and if
such amount of noise were added to the sample labels themselves, then the noise would essentially be
ineffective (e.g., Gaussian elimination would still work with rounding, or if the noise were Boolean
with such variance, no flip would take place with high probability). The failure is thus due to the
nature of the GD algorithm.

Remark 5. Note that the positive results show that we could learn a random parity function using
stochastic gradient descent under these conditions. The reason for the difference is that SGD lets
us get the details of single samples, while GD averages all possible samples together. In the latter
case, the averaging mizes together information provided by different samples in a way that makes it
harder to learn about the function.

2.3.2 SGD with memory constraint

Theorem 5. Let € > 0, and Pr be a probability distribution over functions with a cross-predictability
of cp = o(1). For eachn >0, let (f,g) be a neural net of polynomial size in n such that each edge
weight is recorded using O(log(n)) bits of memory. Run stochastic gradient descent on (f,g) with at
most ¢, "2 time steps and with o(|log(cp)|/ log(n)) edge weights updated per time step. For all
sufficiently large n, this algorithm fails at learning functions drawn from Pr with accuracy 1/2 + €.

Corollary 3. Block-coordinate descent with a polynomial number of steps and precision and
o(n/log(n)) edge updates per step fails at learning parities with non-trivial accuracy.
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Remark 6. Specializing the previous result to the case of parities, one obtains the following. Let
e > 0. For each n > 0, let (f,qg) be a neural net of polynomial size in n such that each edge weight
is recorded using O(log(n)) bits of memory. Run stochastic gradient descent on (f,g) with at most
27/24 time steps and with o(n/log(n)) edge weights updated per time step. For all sufficiently large
n, this algorithm fails at learning parities with accuracy 1/2 + €.

As discussed in Section 3, one could obtain the special case of Theorem 5 for parities using
[SVW15] with the following argument. If bounded-memory SGD could learn a random parity function
with nontrivial accuracy, then we could Tun it a large number of times, check to see which iterations
learned it reasonably successfully, and combine the outputs in order to compute the parity function
with an accuracy that exceeded that allowed by Corollary 4 in [SVW15]. However, in order to obtain
a generalization of this argument to low cross-predictability functions, one would need to address the
points made in Section 3 regarding statistical dimension and cross-predictability.

Remark 7. In the case of parities, the emulation argument allows us to show that one can learn a
random parity function using SGD that updates O(n) edge weights per time step. With some more
effort we could have made the memory component encode multiple bits per edge. This would have
allowed it to learn parity if it was restricted to updating O(n/m) edges of our choice per step, where
m is the mazimum number of bits each edge weight is recorded using.

2.3.3 SGD with additional randomness

In the case of full gradient descent and low cross-predictability, the gradients of the losses with
respect to different inputs mostly cancel out, so an exponentially small amount of noise is enough
to drown out whatever is left. With stochastic gradient descent, that does not happen, and we have
the following instead.

Definition 10. Let (f,g) be a NN, and recall that w(g) denotes the set of weights on the edges of
g. Define the T-neighborhood of (f,g) as

N-(f,9) ={(f,d) : E(¢') = E(9), [wun(9) — wun(g)| < 7,¥(u,v) € E(g)}. (14)

Theorem 6. For each n > 0, let (f,g) be a neural net with size m polynomial in n, and let
B,~,T > 0. There exist 0 = O(m?*y2B?%/n?) and o' = O(m3y3B3/n?) such that the following holds.
Perturb the weight of every edge in the net by a Gaussian distribution of variance o and then train it
with a noisy stochastic gradient descent algorithm with learning rate v, T time steps, and Gaussian
noise with variance o’. Also, let p be the probability that at some point in the algorithm, there is a
neural net (f,g') in N-(f,g), 7= O(m?*yB/n), such that at least one of the first three derivatives
of the loss function on the current sample with respect to some edge weight(s) of (f,g') has absolute
value greater than B. Then this algorithm fails to learn parities with an accuracy greater than
1/2 4 2p 4+ O(Tm*B?42/n) 4+ O(T[e/4]"/4).

Remark 8. Normally, we would expect that if training a neural net by means of SGD works, then
the net will improve at a rate proportional to the learning rate, as long as the learning rate is small
enough. As such, we would expect that the number of time steps needed to learn a function would
be inversely proportional to the learning rate. This theorem shows that if we set T = ¢/~ for any
constant ¢ and slowly decrease 7, then the accuracy will approach 1/2 + 2p or less. If we also let B
slowly increase, we would expect that p will go to 0, so the accuracy will go to 1/2. It is also worth
noting that as vy decreases, the typical size of the noise terms will scale as 73/2. So, for sufficiently
small values of v, the noise terms that are added to edge weights will generally be much smaller
than the signal terms.
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Remark 9. The bound on the derivatives of the loss function is essentially a requirement that the
behavior of the net be stable under small changes to the weights. It is necessary because otherwise
one could effectively multiply the learning rate by an arbitrarily large factor simply by ensuring that
the derivative is very large. Alternately, excessively large derivatives could cause the probability
distribution of the edge weights to change in ways that disrupt our attempts to approximate this
probability distribution using Gaussian distributions. For any given initial value of the neural net,
any given smooth activation function, and any given M > 0, there must exists some B such that as
long as none of the edge weights become larger than M this will always hold. However, that B could
be very large, especially if the net has many layers.

Remark 10. The positive results show that it is possible to learn a random parity function using a
polynomial sized neural net trained by stochastic gradient descent with inverse-polynomaial noise for
a polynomial number of time steps. Furthermore, this can be done with a constant learning rate, a
constant upper bound on all edge weights, a constant 7, and B polynomial in n such that none of
the first three derivatives of the loss function of any net within T of ours are greater than B at any
point. So, this result would not continue to hold for all choices of exponents.

2.4 Proof techniques: undistinguishability, emulation and sequential learning
algorithms

Negative results. Our main approach to showing the failure of an algorithm (e.g., noisy GD)
using data from a model (e.g, parities) for a desired task (e.g., typical weak learning), will be to
show that under limited resources (e.g., limited number of time steps), the output of the algorithm
trained on the true model is statistically indistinguishable from the output of the algorithm trained
on a null model, where the null model fails to provide the desired performance for trivial reasons.
This forces the true model to fail as well.

The indistinguishability to null condition (INC) is obtained by manipulating information
measures, bounding the total variation distance of the two posterior measures between the test and
null models. The failure of achieving the desired algorithmic performance on the test model is then a
consequence of the INC, either by converse arguments — if one could achieve the claimed performance,
one would be able to use the performance gap to distinguish the null and test models and thus
contradict the INC — or directly using the total variation distance between the two probability
distributions to bound the difference in the probabilities that the nets drawn from those distributions
compute the function correctly (and we know that it fails to do so on the null model).

An example with more details:

e Let D; be the distribution of the data for the parity learning model, i.e., i.i.d. samples with
labels from the parity model in dimension n;

e Let R = (R1, R2) be the resource in question, i.e., the number R; of edge weights of poly-
memory that are updated and the number of steps Ry of the algorithm;

e Let A be the coordinate descent algorithm used with a constraint C' on the resource R;
e Let T be the task, i.e, achieving an accuracy of 1/2 + Q,,(1) on a random input.
Our program then runs as follows:

1. Chose Dy as the null distribution that generates i.i.d. pure noise labels, such that the task T’
is obviously not achievable for Dy.
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2. Find a INC on R, i.e., a constraint C on R such that the trace of the algorithm A is
indistinguishable under D; and Dy; to show this,

(a) show that the total variation distance between the posterior distribution of the trace of
A under Dy and D vanishes if the INC holds;

(b) to obtain this, it is sufficient to show that any f-mutual information between the
algorithm’s trace and the model hypotheses Dy or D; (chosen equiprobably) vanishes.

3. Conclude that the INC on R prohibits the achievement of T on the test model Dy, either
by contradiction as one could use T to distinguish between D; and Dy if only the latter
fails at 7" or using the fact that for any event Success and any random variables Y (D;) that

depend on data drawn from D; (and represent for example the algorithms outputs), we have
P{Y (D1) € Success} < P{Y(Dy) € Success} + TV (Dy,D1) = 1/2+ TV (Dy, D).

Most of the work then lies in part 2(a)-(b), which consist in manipulating information measures to
obtain the desired conclusion. In particular, the Chi-squared mutual information will be convenient
for us, as its “quadratic” form will allow us to bring the cross-predictability as an upper-bound,
which is then “easier” to evaluate. This is carried out in Section 2.3.1 in the context of GD and in
Section 5.2 in the context of so-called “sequential learning algorithms”.

In the case of noisy GD (Theorems 4 and 3), the program is more direct from step 2, and runs
with the following specifications. When computing the full gradient, the losses with respect to
different inputs mostly cancel out, which makes the gradient updates reasonably small, and a small
amount of noise suffices to cover it. We then show a subadditivity property of the TV using the data
processing inequality, bound the one step total variation distance with the KL distance (Pinsker’s
inequality), which in the Gaussian case gives the /5 distance, and then use a change of measure
argument to bring down the cross-predictability (using various generic inequalities).

In the case of the failure of SGD under noisy initialization and updates (Theorem 6), we rely on

a more sophisticated version of the above program. We use again a step used for GD that consists
in showing that the average value of any function on samples generated by a random parity function
will be approximately the same as the average value of the function on true random samples.'? This
is essentially a consequence of the low cross-predictability. Most of the work then is using this to
show that if we draw a set of weights in R™ from a sufficiently noisy probability distribution and
then perturb it slightly in a manner dependent on a sample generated by a random parity function,
the probability distribution of the result is essentially indistinguishable from what it would be if
the samples were truly random. Then, we argue that if we do this repeatedly and add in some
extra noise after each step, the probability distribution stays noisy enough that the previous result
continues to apply. After that, we show that the probability distribution of the weights in a neural
net trained by noisy stochastic gradient descent on a random parity function is indistinguishable
from the the probability distribution of the weights in a neural net trained by noisy SGD on random
samples, which represents most of the work.
Sequential Learning algorithms. Our negative results exploit the sequential nature of descent
algorithms such as gradient, stochastic gradient or coordinate descent. That is, the fact that these
algorithms proceed by querying some function on some samples (typically the gradient function),
then update the memory structure according to some rule (typically the neural net weights using
a descent algorithm step), and then forget about these samples. We next formalize this class of
algorithms using the notion of sequential learning algorithms (SLA).

12This gives also a variant of a result in [SSS17] applying to the special case of 1-Lipschitz loss function.
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Definition 11. A sequential learning algorithm A on (Z,0V) is an algorithm that for an input
of the form (Z,(W1,...,W;_1)) in Z x W' produces an output A(Z, (W1, ..., W;_1)) valued in W.
Given a probability distribution D on Z, a sequential learning algorithm A on (Z,W), and T > 1, a
T-trace of A for D is a series of pairs ((Z1, Wh), ..., (Zp, Wr)) such that for each i € [T|, Z; ~ D
independently of (Z1, Za, ..., Zi—1) and W; = A(Z;, (W1, Wa, ..., Wi_1)).

Note that Z may represent a single sample with its label (and D the corresponding distribution)
as for SGD, or a collection of m i.i.d. samples as for mini-batch GD. Our negative result for SGD in
Theorem 6 will apply more generally to such algorithms, with constraints added on the number of
weights that can be updated per time step. For Theorems 3 and 6, we use further assumption on
how the memory (weights) are updated, i.e., via the subtraction of gradients. These correspond to
special cases of SLAs where the following memory update rules are used:

WO = = Ga(WED(X), F(X))+ 29, t=1,...,T (15)

_E. -
XP

where Gy is some function valued in some bounded range (like the query function in statistical query
algorithms) and Py = % St 6 is the empirical distribution of m samples (with m =1 for

SGD and larger m for GD).

Positive result. For the positive result, we emulate any learning algorithm using poly-many
samples and running in poly-time with poly-size neural nets trained by poly-step SGD. This requires
emulating any poly-size circuit implementation with free access to reading and writing in memory
using a particular computational model that computes, reads and writes memory solely via SGD
steps on a fixed neural net. In particular, this requires designing subnets that perform arbitrary
efficient computations in such a way that SGD does not alter them and subnet structures that cause
SGD to change specific edge weights in a manner that we can control. One difficulty encountered
with such an SGD implementation is that no update of the weights will take place when given
a sample that is correctly predicted by the net. If one does not mitigate this, the net may end
up being trained on a sample distribution that is mismatched to the original one, which can have
unexpected consequences. A randomization mechanism is thus used to circumvent this issue.'® See
Section 6 for further details.

x®

3 Related literature

3.1 Minsky and Papert

The difficulty of learning functions like parities with NNs is not new. Together with the connectivity
case, the difficulty with parities was in fact one of the central focus in the perceptron book of Minksy
and Papert [MP&7], which resulted in one of the main cause of skepticism regarding neural networks
in the 70s [Bot19]. The sensitivity of parities is also well-studied in the theoretical computer
science literature, with the relation to circuit complexity, in particular the computational limitations
of small-depth circuit [Has87, All96]. The seminal paper of Kearns on statistical query learning
algorithms [Kea98] brings up the difficulties in learning parities with such algorithms, as discussed
next.

13This mechanism is not necessary for cases like parities.
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3.2 Statistical querry algorithms

The lack of correlations between two parity functions and its implication in learning parities is
extensively studied in the context of statistical query learning algorithms [Kea98]. These algorithms
have access to an oracle that gives estimates on the expected value of some query function over
the underlying data distribution. The main result of [Kea98, BFJ"94] gives a tradeoff for learning
a function class in terms of (i) the statistical dimension (SD) that captures the largest possible
number of functions in the class that are weakly correlated, (ii) the precision range 7, that controls
the error added by the oracle to each query valued in the range of [—1, 1], (iii) the number of queries
made to the oracle. In particular, parities have exponential SD and thus for a polynomial error
7, an exponential number of queries are needed to learn them. Gradient-based algorithms with
approximate oracle access are realizable as statistical query algorithms, since the gradient takes an
expectation of some function (the derivative of the loss). In particular, [[Kea98] implies that the
class of parity functions cannot be learned by such algorithms, which implies a result similar in
nature to our Theorem 4 as further discussed below. The result from [Kea98] and its generalization
in [BKWO03] have however a few differences from those presented here. First these papers define
successful learning for all function in a class of functions, whereas we work here with typical functions
from a function distribution, i.e., succeeding with non-trivial probability according to some function
distribution that may not be a uniform distribution. Second these papers require the noise to be
adversarial, while we use here statistical noise, i.e., a less powerful adversary. We also focus on
guessing the label with a better chance than random guessing; this can also obtained for the SQ
algorithms but the classical definition of SD is typically not designed for this case. Finally the proof
techniques are different, mainly based on Fourier analysis in [BKW03] and on hypothesis testing
and information theory here.

Nonetheless, our Theorem 4 admits a quantitative counter-part in the SQ framework [Kea98].
Technically [[Kea98] only says that a SQ algorithm with a polynomial number of queries and inverse
polynomial noise cannot learn a parity function, but the proof would still work with appropriately
chosen exponential parameters. To further convert this to the setting with statistical noise, one
could use an argument saying that the Gaussian noise is large enough to mostly drown out the
adversarial noise if the latter is small enough, but the resulting bounds would be slightly looser than
ours because that would force one to make trade offs between making the amount of adversarial
noise in the SQ result low and minimizing the probability that one of the queries does provide
meaningful information. Alternately, one could probably rewrite their proof using Gaussian noise
instead of bounded adversarial noise and bound sums of L; differences between the probability
distributions corresponding to different functions instead of arguing that with high probability the
bound on the noise quantity is high enough to allow the adversary to give a generic response to the
query.

To see how Theorem 3 departs from the setting of [BKW03] beyond the statistical noise discussed
above, note that the cross-predictability captures the expected inner product (F1, F»)p, over two
i.i.d. functions Fy, F» under Pr, whereas the statistical dimension defined in [BKW03] is the largest
number d of functions f; € F that are nearly orthogonal, i.e, |(fi, fi)p,| < 1/d3, 1 <i < j < d.
Therefore, while the cross-predictability and statistical dimension tend to be negatively correlated,
one can construct a family F that contains many almost orthogonal functions, yet with little mass
under Pr on these so that the distribution has a high cross-predictability. For example, take a
class containing two types of functions, hard and easy, such as parities on sets of components and
almost-dictatorships which agree with the first input bit on all but n of the inputs. The parity
functions are orthogonal, so the union contains a set of size 2" that is pairwise orthogonal. However,
there are about 2" of the former and 2" of the latter, so if one picks a function uniformly at random

17



on the union, it will belong to the latter group with high probability, and the cross-predictability
will be 1 — o(1). So one can build examples of function classes where it is possible to learn with a
moderate cross-predictability while the statistical dimension is large and learning fails in the sense
of [BKWO03].

There have been many follow-up works and extensions of the statistical dimension and SQ models.
We refer to [Boil9] for a more in-depth discussion and comparison between these and the results in
this paper. In particular, [FGR"17] allows for a probability measure on the functions as well. The
statistical dimension as defined in Definition 2.6 of [FGR"17] measures the maximum probability
subdistribution with a sufficiently high correlation among its members (note that this defined in view
of studying exact rather than weak learning). As a result, any probability distribution with a low
cross predictability must have a high statistical dimension in that sense. However, a distribution of
functions that are all moderately correlated with each other could have an arbitrarily high statistical
dimension despite having a reasonably high cross-predictability. For example, using definition 2.6 of
[FGRT17] with constant 4 on the collection of functions from {0,1}" — {0,1} that are either 1 on
1/2 + ,/7/4 of the possible inputs or 1 on 1/2 — ,/7/4 of the inputs, gives a statistical dimension
with average correlation v that is doubly exponential in n. However, this has a cross predictability
of v2/16.

In addition, queries in the SQ framework typically output the exact expected value with some
error, but do not provide the tradeoff that occur by taking a number of samples and using these to
estimate the expectation, as provided with the variable m in Theorem 3. In particular, as m gets
low, one can no longer obtain negative results as shown with Theorem 1.

Regarding Theorem 5, one could imagine a way to obtain it using prior SQ works by proving
the following: (a) generalize the paper of [SVW15] that establishes a result similar to our Theorem
5 for the special case of parities to the class of low cross-predictability functions, (b) show that this
class has the right notion of statistical dimension that is high. However, the distinction between low
cross-predictability and high statistical dimension would kick in at this point. If we take the example
mentioned in the previous paragraph, the version of SGD used in Theorem 5 could learn to compute
a function drawn from this distribution with expected accuracy 1/2 + ,/7/8 given O(1/~) samples,
so the statistical dimension of the distribution is not limiting its learnability by such algorithms in
an obvious way. One might be able to argue that a low cross-predictability implies a high statistical
dimension with a value of « that vanishes sufficiently quickly and then work from there. However, it
is not clear exactly how one would do that, or why it would give a preferred approach.

Paper [FGV17] also shows that gradient-based algorithms with approximate oracle access are
realizable as statistical query algorithms, however, [FGV17] makes a convexity assumption that
is not satisfied by non-trivial neural nets. SQ lower bounds for learning with data generated by
neural networks is also investigated in [SVWX17] and for neural network models with one hidden
nonlinear activation layer in [VW18].

Finally, the current SQ framework does not apply to noisy SGD (even for adversarial noise).
One may consider instead 1-STAT oracles, that provide a query from random sample, but we did
not find results comparable to our Theorem 6 in the literature.

In fact, we show that it is possible to learn parities with better noise-tolerance and complexity
than any SQ algorithm will do (see Section 2.2), so the variance in the random queries of SGD is
crucial to make it a universal algorithm as opposed to GD or any SQ algorithm.

3.3 Memory-sample trade-offs

In [Raz16], it is shown that one needs either quadratic memory or an exponential number of samples
in order to learn parities, settling a conjecture from [SVW15]. This gives a non-trivial lower bound
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on the number of samples needed for a learning problem and a complete negative result in this
context, with applications to bounded-storage cryptography [Raz16]. Other works have extended the
results of [Raz16]; in particular [KRT17] applies to k-sparse sources, [Raz17] to other functions than
parities, and [GRT18] exploits properties of two-source extractors to obtain comparable memory v.s.
sample complexity trade-offs, with similar results obtained in [BOY17]. The cross-predictability has
also similarity with notions of almost orthogonal matrices used in Lo-extractors for two independent
sources [CG88, GRT18].

In contrast to this line of works (i.e., [Raz16] and follow-up papers), our Theorem 5 (when
specialized to the case of parities) shows that one needs exponentially many samples to learn parities
if less than n/24 pre-assigned bits of memory are used per sample. These are thus different models
and results. Our result does not say anything interesting about our ability to learn parities with an
algorithm that has free access to memory, while the result of [Raz16] says that it would need to
have Q(n?) total memory or an exponential number of samples. On the flip side, our result shows
that an algorithm with unlimited amounts of memory will still be unable to learn a random parity
function from a subexponential number of samples if there are sufficiently tight limits on how much
it can edit the memory while looking at each sample, which cannot be concluded from [Raz16]. The
latter is relevant to study SGD with a bounded number of weight updates per time step as discussed
in this paper.

Note also that for the special case of parities, one could aim for Theorem 5 using [SVW15]
with the following argument. If bounded-memory SGD could learn a random parity function with
nontrivial accuracy, then we could run it a large number of times, check to see which iterations
learned it reasonably successfully, and combine the outputs in order to compute the parity function
with an accuracy that exceeded that allowed by Corollary 4 in [SVW15]. However, in order to
obtain a generalization of this argument to low cross-predictability functions, one would need to
address the points made previously regarding Theorem 5 and [SVW15] (namely points (a) and (b)
in the previous subsection).

3.4 Gradient concentration

Finally, [SSS17], with an earlier version in [Shal8] from the first author, also give strong support to
the impossibility of learning parities. In particular the latter discusses whether specific assumptions
on the “niceness” of the input distribution or the target function (for example based on notions
of smoothness, non-degeneracy, incoherence or random choice of parameters), are sufficient to
guarantee learnability using gradient-based methods, and evidences are provided that neither class
of assumptions alone is sufficient.

[SSS17] gives further theoretical insights and practical experiments on the failure of learning
parities in such context. More specifically, it proves that the gradient of the loss function of a neural
network will be essentially independent of the parity function used. This is achieved by a variant of
our Lemma 1 below with the requirement in [SSS17] that the loss function is 1-Lipschitz!'*. This
provides a strong intuition of why one should not be able to learn a random parity function using
gradient descent or one of its variants, and this is backed up with theoretical and experimental
evidence. However, it is not proved that one cannot learn parity using SGD, batch-SGD or the like.
The implication is far from trivial, as with the right algorithm, it is indeed possible to reconstruct
the parity function from the gradients of the loss function on a list of random inputs. In fact,
we show here that it is possible to learn parities in polynomial time by SGD with small enough
batches and a careful poly-time initialization of the net (that is agnostic to the parity function).Thus,

Y4 The proofs are both simple but slightly different, in particular our Lemma 1 does not make regularity assumptions.

19



obtaining formal negative results requires more specific assumptions and elaborate proofs, already
for GD and particularly for SGD.

4 Some challenging functions

4.1 Parities

The problem of learning parities corresponds to Py being uniform on {+1, —1}" and Pz being uniform
on the set of parity functions defined by P = {ps : s C [n]}, where ps : {+1,-1}" — {+1, -1} is

such that
ps(x) = H Z;.
1€8
So nature picks S uniformly at random in 2"/, and with access to P but not to S, the problem is to
learn which set S was chosen from samples (X, ps(X)) as defined in previous section.

Note that without noise, this is not a hard problem. Even exact learning of the set S (with
high probability) can be achieved if we do not restrict ourselves to using a NN trained with a
descent algorithm. One can simply take an algorithm that builds a basis from enough samples (e.g.,
n + Q(log(n))) and solves the resulting system of linear equations to reconstruct .S.

This seems however far from how deep learning proceeds. For instance, descent algorithms are
“memoryless” in that they update the weights of the NN at each step but do not a priori explicitly
remember the previous steps. Since each sample (say for SGD) gives very little information about
the true S, it thus seems unlikely for SGD to make any progress on a polynomial time horizon.
However, it is far from trivial to argue this formally if we allow the NN to be arbitrarily large and
with arbitrary initialization (albeit of polynomial complexity), and in particular inspecting the
gradient will typically not suffice.

In fact, we will show that this is wrong, and SGD can learn the parity function with a proper
initialization — See Sections 2.2 and 6. We will then show that using GD with small amounts of noise,
as sometimes advocated in different forms [GHJY 15, WT11, RRT17], or using (block-)coordinate
descent or more generally bounded-memory update rules, it is in fact not possible to learn parities
with deep learning in poly-time steps. Parities corresponds in fact to an extreme instance of a
distribution with low cross-predictability, to which failures apply, and which is related to statistical
dimension in statistical query algorithms; see Section 3.

An important point is is that that the amount of noise that we will add is smaller than the
amount of noise'® needed to make parities hard to learn [BKWO03, Reg05]. The amount of noise
needed for GD to fail can be exponentially small, which would effectively represent no noise if that
noise was added on the labels itself as in learning with errors (LWE); e.g., Gaussian elimination
would still work in such regimes.

As discussed in Section 1.3, in the case of parities, our negative result for any initialization
can be converted into a negative result for random initialization. We believe however that the
randomness in a random initalization would actually be enough to account for any small randomness
added subsequently in the algorithm steps. Namely, that one cannot learn parities with GD/SGD
in poly-time with a random initialization.

To illustrate the phenomenon, we consider the following data set and numerical experiment in
PyTorch [PGCT17]. The elements in X are images with a white background and either an even or
odd number of black dots, with the parity of the dots determining the label — see Figure 1. The

15Note also that having GD run with little noise is not exactly equivalent to having noisy labels.
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dots are drawn by building a k x k grid with white background and activating each square with
probability 1/2.

We then train a neural network to learn the parity label of these images with a random
initalization. The architecture is a 3 hidden linear layer perceptron with 128 units and ReLU non
linearities trained using binary cross entropy. The training'® and testing dataset are composed of
1000 images of grid-size k = 13. We used PyTorch implementation of SGD with step size 0.1 and
i.i.d. rescaled uniform weight initialization [HZRS15].

Figure 1: Two images of 13?2 = 169 squares colored black with probability 1/2. The left (right)
image has an even (odd) number of black squares. The experiment illustrates the incapability of
deep learning to learn the parity.

Figure 2 show the evolution of the training loss, testing and training errors. As can be seen, the
net can learn the training set but does not generalize better than random guessing.
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Figure 2: Training loss (left) and training/testing errors (right) for up to 80 SGD epochs.

16\We pick samples from a pre-set training set v.s. sampling fresh samples; these are not expected to behave
differently.
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4.2 Community detection and connectivity

Parities are not the most common type of functions used to generate real signals, but they are
central to the construction of good codes (in particular the most important class of codes, i.e., linear
codes, that rely heavily on parities). We mention now a few specific examples of functions that
we believe would be also difficult to learn with deep learning. Connectivity is another notorious
example discussed in the Perceptron book of Minsky-Papert [MP87]. In that vain, we provide here
a different and concrete question related to connectivity and community detection. We then give
another example of low cross-predictability distribution in arithmetic learning.

Consider the problem of determining whether or not some graphs are connected. This could be
difficult because it is a global property of the graph, and there is not necessarily any function of a
small number of edges that is correlated with it. Of course, that depends on how the graphs are
generated. In order to make it difficult, we define the following probability distribution for random
graphs.

Definition 12. Given n,m,r > 0, let AER(n,m,r) be the probability distribution of n-vertex
graphs generated by the following procedure. First of all, independently add an edge between each pair
of vertices with probability m/n (i.e., start with an Erdds-Rényi random graph). Then, randomly
select a cycle of length less than v and delete one of its edges at random. Repeat this until there are
no longer any cycles of length less than 7.

Now, we believe that deep learning with a random initialization will not be able to learn
to distinguish a graph drawn from AER(n,10In(n), /In(n)) from a pair of graphs drawn from
AFER(n/2,101n(n), 1/In(n)), provided the vertices are randomly relabeled in the latter case. That
is, deep learning will not distinguish between a patching of two such random graphs (on half of the
vertices) versus a single such graph (on all vertices). Note that a simple depth-first search algorithm
would learn the function in poly-time. More generally, we believe that deep learning would not solve
community detection on such variants of random graph models'” (with edges allowed between the
clusters as in a stochastic block model with similar loop pruning), as connectivity v.s. disconnectivity
is an extreme case of community detection.

The key issue is that no subgraph induced by fewer than \/In(n) vertices provides significant
information on which of these cases apply. Generally, the function computed by a node in the net
can be expressed as a linear combination of some expressions in small numbers of inputs and an
expression that is independent of all small sets of inputs. The former cannot possibly be significantly
correlated with the desired output, while the later will tend to be uncorrelated with any specified
function with high probability. As such, we believe that the neural net would fail to have any nodes
that were meaningfully correlated with the output, or any edges that would significantly alter its
accuracy if their weights were changed. Thus, the net would have no clear way to improve.

4.3 Arithmetic learning

Consider trying to teach a neural net arithmetic. More precisely, consider trying to teach it the
following function. The function takes as input a list of n numbers that are written in base n and
are n digits long, combined with a number that is n 4+ 1 digits long and has all but one digit replaced
by question marks, where the remaining digit is not the first. Then, it returns whether or not the
sum of the first » numbers matches the remaining digit of the final number. So, it would essentially

17Tt would be interesting to investigate the approach of [CLB17] on such models.
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take expressions like the following, and check whether there is a way to replace the question marks
with digits such that the expression is true.

120
+112

+121
=7707

Here, we can define a class of functions by defining a separate function for every possible ordering
of the digits. If we select inputs randomly and map the outputs to R in such a way that the average
correct output is 0, then this class will have a low cross predictability. Obviously, we could still
initialize a neural net to encode the function with the correct ordering of digits. However, if the
net is initialized in a way that does not encode the digit’s meanings, then deep learning will have
difficulties learning this function comparable to its problems learning parity. Note that one can sort
out which digit is which by taking enough samples where the expression is correct and the last digit
of the sum is left, using them to derive linear equation in the digits (mod n), and solving for the
digits.

We believe that if the input contained the entire alleged sum, then deep learning with a random
initialization would also be unable to learn to determine whether or not the sum was correct.
However, in order to train it, one would have to give it correct expressions far more often than would
arise if it was given random inputs drawn from a probability distribution that was independent of
the digits’ meanings. As such, our notion of cross predictability does not apply in this case, and the
techniques we use in this paper do not work for the version where the entire alleged sum is provided.
The techniques instead apply to the above version.

4.4 Beyond low cross-predictability

We showed in this paper that SGD can learn efficiently any efficiently learnable distribution despite
some polyn-noise. One may wonder when this takes place for GD.

In the case of random degree k monomials, i.e., parity functions on a uniform subset S of size
k with uniform inputs, we showed that GD fails at learning under memory or noise constraints
as soon as k = w(1). This is because the cross-predictability scales as (2)71, which is already
super-polynomial when k = w(1).

On the flip side, if k is constant, it is not hard to show that GD can learn this function distribution
by inputting all the (Z) monomials in the first layer (and for example the cosine non-linearity to
compute the parity in one hidden layer). Further, one can run this in a robust-to-noise fashion, say
with exponentially low noise, by implementing AND or OR gates properly [Bam19]. Therefore, for
random degree k monomials, deep learning can learn efficiently and robustly if and only if k = O(1).
Thus one can only learn low-degree functions in that class.

We believe that small cross-predictability does not take place for typical labelling functions
concerned with images or sounds, where many of the functions we would want to learn are correlated
both with each other and with functions a random neural net is reasonably likely to compute. For
instance, the objects in an image will correlate with whether the image is outside, which will in turn
correlate with whether the top left pixel is sky blue. A randomly initialized neural net is likely to
compute a function that is nontrivially correlated with the last of these, and some perturbations of
it will correlate with it more, which means the network is in position to start learning the functions
in question.
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Intuitively, this is due to the fact that images and image classes have more compositional
structures (i.e., their labels are well explained by combining ‘local’ features). Instead, parity
functions of large support size, i.e., not constant size but growing size, are not well explained by the
composition of local features of the vectors, and require more global operations on the input. As a
result, using more samples for the gradients may never hurt in such cases.

Another question is whether or not GD with noise can successfully learn a random function
drawn from any distribution with a cross-predictability that is at least the inverse of a polynomial.

The first obstacle to learning such a function is that some functions cannot be computed to a
reasonable approximation by any neural net of polynomial size. A probability distribution that
always yields the same function has a cross-predictability of 1, but if that function cannot be
computed with nontrivial accuracy by any polynomial-sized neural net, then any method of training
such a net will fail to learn it.

Now, assume that every function drawn from Pr can be accurately computed by a neural net with
polynomial size. If Pr has an inverse-polynomial cross-predictability, then two random functions
drawn from the distribution will have an inverse-polynomial correlation on average. In particular,
there exists a function fo and a constant ¢ such that if F' ~ Pr then Er(Ex F(X)fo(X))? = Q(n~¢).
Now, consider a neural net (G, ¢) that computes fy. Next, let (G’, ¢) be the neural net formed by
starting with (G, ¢) then adding a new output vertex v and an intermediate vertex v’. Also, add
an edge of very low weight from the original output vertex to v" and an edge of very high weight
from v’ to v. This ensures that changing the weight of the edge to v’ will have a very large effect
on the behavior of the net, and thus that SGD will tend to primarily alter its weight. That would
result in a net that computes some multiple of fy. If we set the loss function equal to the square
of the difference between the actual output and the desired output, then the multiple of fy that
has the lowest expected loss when trying to compute F is Ex[fo(X)F (X)]fo, with an expected loss
of 1 — E%(fo(X)F(X)). We would expect that training (G’, ¢) on F would do at least this well,
and thus have an expected loss over all F' and X of at most 1 — Ep(ExF(X)fo(X))? =1 —Q(n~°).
That means that it will compute the desired function with an average accuracy of 1/2 4+ Q(n=°).
Therefore, if the cross-predictability is polynomial, one can indeed learn with at least a polynomial
accuracy.

However, we cannot do much better than this. To demonstrate that, consider a probability
distribution over functions that returns the function that always outputs 1 with probability 1/In(n),
the function that always outputs —1 with probability 1/In(n), and a random function otherwise.
This distribution has a cross-predictability of (1/1n?(n)). However, a function drawn from this
distribution is only efficiently learnable if it is one of the constant functions. As such, any method
of attempting to learn a function drawn from this distribution that uses a subexponential number of
samples will fail with probability 1 — O(1/1In(n)). In particular, this type of example demonstrates
that for any g = o(1), there exists a probability distribution of functions with a cross-predictability
of at least g(n) such that no efficient algorithm can learn this distribution with an accuracy of
1/2 4 Q(1).

However, one can likely prove that a neural net trained by noisy GD or noisy SGD can learn Pr
if it satisfies the following property. Let m be polynomial in n, and assume that there exists a set of
functions gy, ..., gm such that each of these functions is computable by a polynomial-sized neural net
and the projection of a random function drawn from Pr onto the vector space spanned by g1, ..., gm
has an average magnitude of ©(1). In order to learn Pr, we start with a neural net that has a
component that computes g; for each 7, and edges linking the outputs of all of these components
to its output. Then, the training process can determine how to combine the information provided
by these components to compute the function with an advantage that is within a constant factor
of the magnitude of its projection onto the subspace they define. That yields an average accuracy
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of 1/2 + Q(1). However, we do not think that this is a necessary condition to be able to learn a
distribution using a neural net trained by noisy SGD or the like.
5 Proofs of negative results

5.1 Proof of Theorem 3

Consider SGD with mini-batch of size m, i.e., for a sample set Sq(é) = {Xft), . ,va?} define

. 1 &
PSr(rtL) = Z(SXi(t) (16)
=1
and
Wt = w1 G (WEH(X), F(X)+ 29, t=1,...,T (17)

—E. -
X~P
g0

where Gy = [V L] 4.

Theorem 3 holds for any sequential algorithm that edits its memory using (17) for some function
Gy that is valued in [—y: A, v A]. In particular, if one has access to a statistical query algorithm as
in [Kea98] with a tolerance of 7, one can ‘emulate’ such an algorithm with a constant v by using
m = oo and o/(vA) = 7; this is however for a worst-case rather than statistical noise model.

Proof of Theorem 3. Consider the same algorithm run on either true data labelled with F' or junk
data labelled with random labels, i.e.,

) Gra(WEIX),Y)+ 20, t=1,....T, (18)

,m

t t—1
Wi = Wi —Eyyyopt

where

p

,m

(o.y) {PST(I,? (x)(1/2) if H=x, (19)

Pyo (2)dpx)(y) if H=F.

Denote by Qg) the probability distribution of Wg) and let St := (57(71), . ,Sﬁ,?). We then have
the following.

PIWL(X) = F(X)} < PIW(X) = F(X)} + Epsrd(@Q), Q" |F, ST 7y (20)
<1/2+ Epysg%d(Q%T ) QDI STy (21)

For t € [T+ 1] H,h € {F,}, define
-1 -1 -1
ngh =wy Y- <E<X,Y)~D;§;Gt—1(W§ )(X),Y)> A (22)

and denote by Qg,_hl) the distribution of Wg};l).
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Using the triangular and Data-Processing inequalities, we have

dQY . QY|P 88y (23)
<@, QU IF Sty + @Y, QU F Sty (24)
<@L, QU VIE, S )y +d(Q"", QUVIF Sy (25)
= d(QY Y, QI V|F, st (26)
FTV(E cyy v, i 1(W£ VXY + 20 ) e Gea (W) (X),Y) + 20| F, S},
(27)
Let ¢ fixed, Z = (X,Y), g(Z) := G,1 (WS V(X),Y), D. = D). By Pinsker’s inequality'®

1
TV(Ez~D,r9(Z) + 29 Ezep,.9(Z) + ZV|F,S],) < 25 IE2~D1n r9(Z) = Ez~D, . 9(Z) ]2 (28)

and by Cauchy-Schwarz,

ErTV(Ezep,, »9(Z) + 2"V Esep,. . 9(Z) + Z7V|F,S) (29)
1
< 55 (ErlEz~p,, r9(Z) — Ez~p,..9(Z)|3)"*. (30)
We now investigate a single component e € E(G) appearing in the norm,

Er(Ez~p,, p9¢(Z) = Eznp,n . 9e(2))? = EF(Eznn,, . 9¢(Z)(1 = Do p(Z)/ Dy x(2)))? (31)
=Ep(ge, (1 - m,F/Dm*)ﬁ)m,* (32)

=E (ge ) (1 - m,F/Dm,*)®2>D%%* (33)

= (9% Ep(1 = Din,p/ Dinx)**) 2, (34)

< (E2nDpn9e(Z)*)IER(L = Din,i/ Din) || p2, ] (35)

= (EzoD,n.9e(Z )2)(EF,F/ [EZDp,. (1 = Din.i(2)/ Dy s(Z))(1 = Dpr jn(Z) ) Dy x(2))12) /2 (36)

where (33) uses a tensor lifting to bring the expectation over F' on the second component before using
the Cauchy-Schwarz inequality, and where (36) uses replicates, i.e., (EZ)? = EZ,Z5 for Z, Z1, Zo

L.i.d., with
CP(m,t) :=Erm[E, po (1-20px)(Y))(1 - 205 (x)(Y)))? (38)
= EF,F’[EXNPS(t)F(X)F,(X)] (39)

Therefore,

ErTV(E xy)~plt 0 Gi- (WD(X),Y) + 2, E(X,Y)NDﬁi),*Gt—l(Wftil)(X)7Y) +Z|F, S},)
(40)
1

< 5o (B, IGOVETV(X),Y) |2)CPm, )/ (41)

¥0ne can get an additional 1/7 factor by exploiting the Gaussian distribution more tightly.
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and

Epg TV (E oo Gea(WiV(x),v) + 29 E
m,F

(X,Y)~ (X,Y)~ D

1 _
< 5Bt (B, _pw G (WY (X),Y) [2)CP(m, 1)/

Defining the gradient norm as
GN(m.1) :=E,_po [|Groa (W™D (X0, 7).

we get

Es: (GN(m,t) - CP(m,t)"/*)

a1
Mﬂ

Epsrd@Q5, Q" |F, Sh)ry <

o~
Il
—

(ESt GN(m t) )1/2 . (ES%CP(m’t)1/2)1/2

IA
a1
Mﬂ

,F
Il
—

(Egt GN(m,t)%)/2 - (Es,, CP(m, 1)/2)1/?

1
3=
Mﬂ

i
A

and thus

(Esy, (B, pw 1Ge- (W (X), 7))V - cPY!

1]~

EF,sgd(QEwT), NE STy < p

“
Il
—

(Est, By pw 1Ge- (W0 (), V)32 cRift

IA
S
M=

“
Il
—

(Ex,y~pry(1/2)|Gt- (WO (x),Y)|H)V2 . cpl/A

I
S
M=

I
A

Finally note that

Exympe12)|Geoa (W (X), V)3 = [Ex vy /2 Gt (W (X), V)3,
CPy =EppEs, Ex~py, F(X)F'(X)]?=1/m+ (1 —1/m)CPx.

Proof of Corollary 1. GN is trivially bounded by AEY/2, so

A
Epsr Q) Q) 1P, ST)ry < ZEVAT(1/m+ (1 - 1/m) CPx) .
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5.1.1 Proof of Theorem 4

We first need the following basic inequalities.

Lemma 1. Let n > 0 and f : B® — R. Also, let X be a random element of B" and Y be a
random element of B independent of X. Then

D (EF(X,Y) — Ef(X,ps(X)))* <EfA(X,Y)

sCln]

Proof. For each x € B", let g(z) = f(z,1) — f(x,0).

> (EF(X,Y)] = E[f(X,ps(X))])? (54)
sCln]
2
=3 (2”1 ST (F(@,0) + fla,1) - 2f(w,ps(x)))> (55)
sCln] zeBn
2
_ 9—n-1 Z g(x)(_l)ps(r)> (56)
sCln] zeB”™
— 9—2n-2 Z g(xl)(_l)ps(xl) ,g(x2)(_1)ps(m2) (57)
z1,22€B",sC[n]
_ 9—2n-2 Z g(z1)g(x2) Z (—1)Ps(@) (—1)Ps(2) (58)
x1,22€B™ sCln]
— 9—2n—2 Z 2”92(.%') (59)
xzeB™
=272 ) [f(2,1) — f(z,0)) (60)
zeBn
<27 Y (1) + f2(=,0) (61)
zeBn
— E[/3(X.Y) (62)

where we note that the equality from (56) to (59) is Parserval’s identity for the Fourier-Walsh basis
(here we used Boolean outputs for the parity functions). O

Note that by the triangular inequality the above implies
Varp Ex f(X, F(X)) <2 "Exy f2(X,Y). (63)

As mentioned earlier, this is similar to Theorem 1 in [SSS17] that requires in addition the function
to be the gradient of a 1-Lipschitz loss function.
We also mention the following corollary of Lemma 1 that results from Cauchy-Schwarz.

Corollary 4. Let n > 0 and f : B"™! — R. Also, let X be a random element of B" and Y be a
random element of B independent of X. Then

S IBIF(X, V)] = E[f((X,ps(X)))]| < 2"*VE[f2((X,Y))].
sCln]
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In other words, the expected value of any function on an input generated by a random parity
function is approximately the same as the expected value of the function on a true random input.

Proof of Theorem 4. We follow the proof of Theorem 3 until (31), where we use instead Lemma 1,
to write (for m = o0)

Er(Ez~p,, p9e(Z) = Ezep,, . 9¢(2))* < 2 "Eznp,, . 92(Z) (64)

where 27" is the CP for parities. Thus in the case of parities, we can remove a factor of 1/2 on the
exponent of the CP. Further, the Cauchy-Schwartz inequality in (46) is no longer needed, and the
junk flow can be defined in terms of the sum of gradient norms, rather than taking norms squared
and having a root on the sum; this does not however change the scaling of the junk flow. The
theorem follows by choosing the . O

5.2 Proof of Theorem 5
5.2.1 Learning from a bit

We now consider the following setup:

(X, F) ~ Py x Pr (65)
Y = F(X) (denote by Py the marginal of Y) (66)
W =g(X,Y) where g : ¥ x Y — B (67)
(X,Y) ~ Py x Uy (independent of (X, F)) (68)

That is, a random input X and a random hypothesis F' are drawn from the working model, leading
to an output label Y. We store a bit W after observing the labelled pair (X,Y"). We are interested in
estimating how much information can this bit contain about F', no matter how “good” the function
g is. We start by measuring the information using the variance of the MSE or Chi-squared mutual
information', i.e.,

I,(W; F) = Var E(W|F) (69)

which gives a measure on how random W is given F'. We provide below a bound in terms of the
cross-predictability of Pr with respect to Py, and the marginal probability that g takes value 1 on
two independent inputs, which is a “inherent bias” of g.

The Chi-squared is convenient to analyze and is stronger than the classical mutual information,
which is itself stronger than the squared total-variation distance by Pinsker’s inequality. More
precisely?’, for an equiprobable W,

TV(W; F) S I(W; F)Y? < L(W; F)Y2. (70)

Here we will need to obtain such inequalities for arbitrary marginal distributions of W and in a
self-contain series of lemmas. We then bound the latter with the cross-predictability which allows
us to bound the error probability of the hypothesis test deciding whether W is dependent on F or
not, which we later use in a more general framework where W relates to the updated weights of the
descent algorithm. We will next derive the bounds that are needed.?!

19The Chi-squared mutual information should normalize this expression with respect to the variance of W for non
equiprobable random variables.

208ee for example [AB18] for details on these inequalities.

2 These bounds could be slightly tightened but are largely sufficient for our purpose.
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Lemma 2.

VarE(g(X,Y)|F) < Er(Px(9(X, F(X)) =1) = Pg 5 (9(X,Y) = 1))*

< min P{g()z Y) = i}y/Pred(Px, Pr)
1€{0,1}

Proof. Note that

Var E(W|F) = Ep(P{W = 1|F} — P{W = 1})2
<Ep(P{W =1|F} —¢)?

for any ¢ € R. Moreover,

PW =1F=f} =) P{W=1|F = f X =x}Px(z)

=Y P{W =1X =2,Y =y} Pr(2)1(f(2) = y).

z,Y

Pick now
ci= Y P{W =1]X =2,Y =y} Px()Uy(y)
Therefore,
P{W = 1|F = f} —c =Y Ag(z,y)By(x,y) = (Ag, By)
Yy
where
Ag(z,y) : =P{W =1|X =2,V = y}/Px(2)Uy(y)
=P{g(X,Y) =1[X ==Y = y}/Px(z)Uy(y)
By(x,y) : = 1) ;yy()y)_ W) Px(x)Uy(y).
‘We have

and therefore

Moreover,

(Ag, Bp)? = (Ag, Bp)(Br, Ag) = (Ag?, BE?)

Er(Ay, Br)? = <A§’2, ErBY?)
< ||AS?||2|[EFBE?| 2.

1452112 = 1144113

=Y P{W =1|X =2,V = y}*Px(2)Uy(y)
T,y

<Y P{W=1X=2Y =y} Px(2)Uy(y)

PV, T) = 1)
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and

1/2
|EFBE? |2 = ( > (ZBf(x,y)Bf(flay,)P}'(f)y)

zya'y  f
= (EF,F’<BFaBF’>2)1/2'
Moreover,
(Bf, Bpr) = 1) ;yy()y)_ Uply) 1) ;y?@/)_ Uyw) Px(z)Uy(y)
= (1/2) Y _(2L(f(=) = y) = D(2L(f'(z) = y) — 1) Px(2)
= Exf(X)f'(X).
Therefore,

Var P{W = 1|F} < P{W = 1}y/Pred(Px, Pr).

(91)
(92)

(93)

(94)

The same expansion holds with Var P{W = 1|F} = VarP{W = 0|F} < P{W = 0}/Pred(Px, Pr).
Ul

Consider now the new setup where g is valued in [m] instead of {0, 1}:

We have the following theorem.

Theorem 7.

Ep||Pyr — Pw||3 < \/Pred(Px, Pr)

Proof. From Lemma 2, for any ¢ € [m)],

VarP{W = i|F} < P{g(X,Y) = i}/Pred(Px, Pr),

therefore,

Ep||Pyip — Pwll3=Y_ > P{F = f}P{W =ilF = f} — P{W = i})*
1€[m] fEF
< 3 P{g(X.Y) = i}y/Pred(Px, Pr)

= \/Pred(PX,P]:).

Corollary 5.

|Pw,r — Pw Ppl|3 < || PFllsc/Pred(Pyx, Pr).
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We next specialize the bound in Theorem 5 to the case of uniform parity functions on uniform
inputs, adding a bound on the L; norm due to Cauchy-Schwarz.

Corollary 6. Let m,n > 0. If we consider the setup of (95),(96),(97) for the case where Pr = P,
the uniform probability measure on parity functions, and Py = U, the uniform probability measure
on B", then
| P, — Pw Pr)3 < 26/, (103)
|Pw,p — Py Ppll < v/m2~"/*%, (104)

In short, the value of W will not provide significant amounts of information on F' unless its
number of possible values m is exponentially large.

Corollary 7. Consider the same setup as in previous corollary, with in addition (X, f/)~ independent
of (X, F) such that (X,Y) ~ Py x Uy where Uy is the uniform distribution on ), and W = g(X,Y).

Then,
YD (PIW =ilf =p) - PIW =i])* <22,

i€[m] sCln]

Proof. In the case where Pr = P,, taking the previous corollary and multiplying both sides by 22"

yields
YD (PIW =ilf =p) - PIW =i])* <2"/2.

i€[m] sCln]

Furthermore, the probability distribution of (X,Y’) and the probability distribution of (X,Y) are
both Up41 so P[W =i] = P[W =] for all i. Thus,

SO (PW =ilf =ps] - PIW =i])* < 2"/2, (105)
i€[m] sCln]

O]

Notice that for fixed values of Py and g, changing the value of Pr does not change the value of
P[W =i|f = ps] for any i and s. Therefore, inequality (105) holds for any choice of Pr, and we
also have the following.

Corollary 8. Consider the general setup of (95),(96),(97) with Py = Uy, and (X,Y) independent
of (X, F) such that (X,Y) ~ Py x Uy, W = g(X,Y). Then,

YD (PIW =ilf =p] - PIW =i])* <22,

i€[m] sC[n]

5.2.2 Distinguishing with SLAs

Next, we would like to analyze the effectiveness of an algorithm that repeatedly receives an ordered
pair, (X, F'(X)), records some amount of information about that pair, and then forgets it. We recall
the definition of an SLA that formalizes this.

Definition 13. A sequential learning algorithm A on (Z,WV) is an algorithm that for an input
of the form (Z,(Wh,...,Wi_1)) in Z x W't produces an output A(Z,(Wh, ..., Wi_1)) valued in W.
Given a probability distribution D on Z, a sequential learning algorithm A on (Z,W), and T > 1, a
T-trace of A for D is a series of pairs ((Z1,Wh), ...,(Zp, Wr)) such that for each i € [T, Z; ~ D
independently of (Z1,Za, ..., Zi—1) and W; = A( 1,(W1,W2,...,Wi,1)).
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If [W] is sufficiently small relative to Pred(Py, Pr), then a sequential learning algorithm that
outputs elements of W will be unable to effectively distinguish between a random function from Pr
and a true random function in the following sense.

Theorem 8. Let n > 0, A be a sequential learning algorithm on (B"*1 W), Py be the uniform
distribution on B™, and Pr be a probability distribution on functions from B™ to B. Let x be the
probability distribution of (X, F(X)) when F' ~ Pr and X ~ Py. Also, for each f : B™ — B, let
let pg be the probability distribution of (X, f(X)) when X ~ Px. Neat, let Pz be a probability
distribution on B" ! that is chosen by means of the following procedure: with probability 1/2, set
Pz = %, otherwise draw F' ~ Pr and set Pz = pp. If [W| <1/ %/Pred(Px, Pr), m is a positive
integer with m < 1/ %/Pred(Px, Pr), and ((Z1,W1), ..., (Zm, Wp,)) is a m-trace of A for Pz, then

||PWm‘PZ:* - PW’”le;ﬁ*Hl = O( 2\4/ PI‘ed(P/y, P]:)) (106)
Proof. First of all, let ¢ = %/Pred(Py, Pr) and F’ ~ Pr. Note that by the triangular inequality,

| Py py—s — Pom|pszllt
= Y |PW™=w"|Pz #+ - P[W™ =uw"|Pz =]

W1 yeeny W, EVW
< S PIF=f] Y |[PW™=uw"|Pz = p]— PIW™ = w™|Pz = ]|
f:B"—B wmeym

and we will bound the last term by O(q).
We need to prove that P[W™ = w™|Pz = ps|] = P[W™ = w™|Pz = %| most of the time. In
order to do that, we will use the fact that

PW™ =w™|Pz = pg] {7 PIWi=wi|Wi™! =w'™1 Pz = py]
P[Wm = wm|Pz =% zl_Il PW; = w;|Wi—1 = wi=1 Pz = x|
So, as long as P[W; = w;|W™1 = wi™l Pz = pf] = PW; = wi| Wit = w1 Pz = «] and
P[W,; = w;|Wi~! = wi~! Pz = «] is reasonably large for all 4, this must hold for the values of w™
and f in question. As such, we plan to define a good value for (w™, f) to be one for which this
holds, and then prove that the set of good values has high probability measure.

First, call a sequence w™ € W™ typical if for each 1 < i < m, we have that

t(w') == P[W; = wi| W' =w'™", Pz =+ > ¢*,

and denote by T the set of typical sequences

T = {w™ : Vi € [m], t(w’) > ¢*}. (107)
We have
1=P{W™ e T|Pz=+}+P{W™ ¢ T|Pz =} (108)
<P{W™eT|Pz =%} + i P{t(W") < ¢*|Pz = *} (109)
<P{W™ e T|Pz =*}+ ;;;3\1/\/\. (110)
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Thus
P{W™ e T|Pz =%} >1-mg@W|>1—q. (111)
Next, call an ordered pair of a sequence w™ € W™ and an f : B — B good if w™ is typical and

PW; = wi|[ W' = w'™!, Pz = py]
P[Wl = wi|Wi*1 = wiil,Pz = *]

—1| < ¢% Viem], (112)

and denote by G the set of good pairs. A pair which is not good is called bad.
Note that for any ¢ and any wi,...,w;—1 € W, there exists a function g, ., , such that
Wi = Gun,...w;_1(Z;). So, theorem 7 implies that

Y > PIF = fI(PWi = wi|W = w'!, Pz = pg] = PIW; = w|W ! = '™, Pz = «])?
w; W f:B"—B
(113)

= > Y PIF' = fl(Plgur,..wi 1 (Zi) = wil Pz = pf] = Plgus,...wi 1 (Zi) = wi| Pz = #])?
w;EW f:B"—B
(114)

< ¢ (115)
Also, given any w™ and f : B™ — B such that w™ is typical but w™ and f are not good, there

must exist 1 < ¢ < m such that
r(w', f) i= |P[Wi = w| W = w'™ Pz = pj] = P[W; = w| W =w™' Pz =%]|  (116)
> q". (117)

Thus, for w™ € T

> PIF = = P{w" F) ¢ G) (118
fi(w™, f)¢g
< P{3ic[m]:r(w, F) > ¢} (119)

<> Y PE =y (120)

i=1 fir(wi,f)>g°

<q¢ Y > PIF'=f]-r(u, f)? (121)

i=1 f:B">B
m
<q¢ 'Y > > PIF = f]-r((whw' ), f)? (122)
i=1 w/eW f:B"—B
<q m-q"? (123)
(124)

This means that for a given typical w™, the probability that w™ and F’ are not good is at most
2
mq® < q.
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Therefore, if Pz = %, the probability that W™ is typical but W™ and F” is not good is at most
q; in fact:

P{W™ e T,(W™ F') ¢ G|Pz = +} (125)

= > P{F' = f} -P{W™ = w™|Pz = *} (126)
frwmeT:(w™,s)¢G

= Y P{Wm=uw"|Pz=x} Y P{F=f} (127)
wmeT fi(w™ 8)¢G

<q Y P{W"=uw"|Pz=x} (128)

wmeT
<q. (129)

We already knew that W™ is typical with probability 1 — ¢ under these circumstances, so W™
and S is good with probability at least 1 — 2q since

1—q<P{W™eT|Pz=x} (130)
=P{W™ T, (W™ F)€G|Pz =} +P{W™cT,(W™ F') ¢ G|Pz = *} (131)
<P{(W™ F') € G|Pz =%} +q. (132)

Next, recall that
PW™ = w™|Pz = ps] _ ﬁ PW; = wi| W' = w'™!, Pz = py]
i=1 P

P[Wm = w™m| Pz = 4] (Wi = wi| W=t = wi=1, Pz = 4]

So, if w™ and f is good (and thus each term in the above product is within ¢? of 1), we have
P[Wm = wm]Pg = pf]
P[Wm = wm\Pg = *]

—1‘ <el—1=0(q). (133)

That implies that
Z PIF' = f]-|P[W™ = w™|Pz = ps] — P[W™ = w™|Pz = ||
(wm™,f)eg
< Y PIF'={]-0(q)- PIW™ = w™|Pz = 4]
(w™,f)eg
<3 0(q) - PIW™ = w™| Pz =+
wm

= 0(q).
Also,
> PIF = f]- (PW™ = w"|Pz = pg] = PIW™ = w"|Pz =)
(w™, f)¢G
= P[(W™, F') ¢ G|Pz # ] — P[(W™, F') ¢ G|Pz = +|
= P[W™ F') € G|Pz = %] — PI[W™ F') € G|Pz # %]
= S PIF =] (PW™ = w™|Pz = 5] — PW™ = w™|Pz = pf))

< Y. PIF' =[] [PW" =w"|Pz =+ = PW™ = w"|Pz = py]|
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That means that

S PIF = f]|PW™ = w"|Pz = pf] - PIW™ = w™| Pz = ]

(w™,f)¢G
< Y PIF' =f]-(P[W™ =w"|Pz = ps] + P[W™ = w™|Pz = +])

(w™,f)¢G
= Y P[F'=f]-2P[W" =uw"|Pz =«

(w™,f)¢g

+ S PIF = f]- (PW™ = w™|Pz = pg] — P]W™ = w™|Pz = %))
(w™,f)¢G
= 0(q).
Therefore,
S S PIF = f]-|PW™ = w™|Pz = p] - PIW™ = w"|Pz =4]| = O(q),  (134)

f:BrsBuwmeWw
which gives the desired bound. O

Corollary 9. Consider a data structure with a polynomial amount of memory that is divided into
variables that are each O(logn) bits long, and define m, Z, *, and Pz the same way as in Theorem
8. Also, let A be an algorithm that takes the data structure’s current value and an element of B"+!
as inputs and changes the values of at most o(—log(Pred(Px, Pr))/log(n)) of the variables. If we
drow Z1, ..., Zy, independently from Pz and then run the algorithm on each of them in sequence,
then mo matter how the data structure is initialized, it is impossible to determine whether or not
Pz = % from the data structure’s final value with accuracy greater than 1/2 + O( 3/Pred(Py, Pr)).

Proof. Let ¢ =1/ %/Pred(Px, Pr). Let Wy be the initial state of the data structure’s memory, and
let W; = A(W;_1, Z;) for each 0 < i < m. Next, for each such i, let W/ be the list of all variables
that have different values in W; than in W;_1, and their values in W;. There are only polynomially
many variables in memory, so it takes O(log(n)) bits to specify one and O(log(n)) bits to specify a
value for that variable. A only changes the values of o(log(q)/log(n)) variables at each timestep,
so W/ will only ever list o(log(g)/log(n)) variables. That means that W/ can be specified with
o(log(q)) bits, and in particular that there exists some set YW such that W/ will always be in W and
W\ = 20(l0g(a)) - Also, note that we can determine the value of W; from the values of W;_; and W/,
so we can reconstruct the value of W; from the values of W{, W, ..., W/.

Now, let A’ be the algorithm that takes (Z;, (W7,..., W/_;)) as input and does the following.
First, it reconstructs Wy_; from (W7, ...,W/_;). Then, it computes W; by running A on W;_; and
Zy. Finally, it determines the value of W/ by comparing W; to W;_1 and returns it. This is an SLA,
and ((Z1,W)), ..., (Zm, W},)) is an m-trace of A’ for Pz. So, by the theorem

S PW] =wi, ..., W), = wm|Pz # +] — PIW] = w1, ..., W}, = wn| Pz = ]| (135)
W1,y Wm
=0(1/q) (136)

Furthermore, since W,,, can be reconstructed from (W7, ..., W} ), this implies that

S IP[Win = w|Pz # ] — P[Wy = w|Pz = 4] = O(1/q). (137)
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Finally, the probability of deciding correctly between the hypothesis Pz = x and Pz # *x given the
observation W, is at most

1

-3 > P[Wy, = w|Pz = ] A P[Wy, = w|Pz # ] (138)
wew

:;+inZW\P[Wm:w]ngé*]—P[Wm:w]Pg:*]] (139)

= +0(1/a), (140)

which implies the conclusion.
O

Remark 11. The theorem and its second corollary state that the algorithm can not determine
whether or not Pz = . However, one could easily transform them into results showing that
the algorithm can not effectively learn to compute f. More precisely, after running on q/2 pairs
(x,pf(x)), the algorithm will not be able to compute ps(x) with accuracy 1/2 + w(1/,/q) with a
probability of w(1/q). If it could, then we could just train it on the first m/2 of the Z; and count how
many of the next m/2 Z; it predicts the last bit of correctly. If Pz = x, each of those predictions
will be independently correct with probability 1/2, so the total number it is right on will differ from
m/4 by O(y/m) with high probability. However, if Pz = py and the algorithm learns to compute ps
with accuracy 1/2 +w(1/\/q), then it will predict m/4 + w(y/m) of the last m/2 correctly with high
probability. So, we could determine whether or not Pz = x with greater accuracy than the theorem
allows by tracking the accuracy of the algorithm’s predictions.

5.2.3 Application to SGD

One possible variant of this is to only adjust a few weights at each time step, such as the k that
would change the most or a random subset. However, any such algorithm cannot learn a random
parity function in the following sense.

Theorem 9. Let n > 0, k = o(n/log(n)), and (f,g) be a neural net of size polynomial in n in
which each edge weight is recorded using O(logn) bits. Also, let x be the uniform distribution on
B"*!, and for each s C [n], let ps be the probability distribution of (X,ps(X)) when X is chosen
randomly from B™. Next, let Pz be a probability distribution on B™T! that is chosen by means of the
following procedure. First, with probability 1/2, set Pz = . Otherwise, select a random S C [n]
and set Pz = pg. Then, let A be an algorithm that draws a random element from Pz in each time
step and changes at most k of the weights of g in response to the sample and its current values. If
A is run for less than 2/?* time steps, then it is impossible to determine whether or not Pz = %
from the resulting neural net with accuracy greater than 1/2 + 0(2_"/ 24,

Proof. This follows immediately from corollary 9. O

Remark 12. The theorem state that one cannot determine whether or not Pz = % from the final
network. However, if we used a variant of corollary 9 we could get a result showing that the final
network will not compute ps accurately. More precisely, after training the network on 2™/24=1 pairs
(z,ps(x)), the network will not be able to compute ps(x) with accuracy 1/2 + w(27"/*) with a
probability of w(27"/%%).

We can also use this reasoning to prove theorem 5, which is restated below.
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Theorem 10. Let € > 0, and Pr be a probability distribution over functions with a cross-
predictability of ¢, = o(1). For each n > 0, let (f,g) be a neural net of polynomial size in n
such that each edge weight is recorded using O(log(n)) bits of memory. Run stochastic gradient
descent on (f,g) with at most c,~Y/?4 time steps and with o(]log(cp)|/ log(n)) edge weights updated
per time step. For all sufficiently large n, this algorithm fails at learning functions drawn from Pr
with accuracy 1/2 + €.

Proof. Consider a data structure that consists of a neural net (f,¢’) and a boolean value b. Now,
consider training (f, g) with any such coordinate descent algorithm while using the data structure
to store the current value of the net. Also, in each time step, set b to True if the net computed the
output corresponding to the sampled input correctly and False otherwise. This constitutes a data
structure with a polynomial amount of memory that is divided into variables that are O(logn) bits
long, such that o(|log(cp)|/log(n)) variables change value in each time step. As such, by corollary
9, one cannot determine whether the samples are actually generated by a random parity function
or whether they are simply random elements of B"*! from the data structure’s final value with
accuracy 1/2 + w(cpl/ 24). In particular, one cannot determine which case holds from the final value
of b. If the samples were generated randomly, it would compute the final output correctly with
probability 1/2, so b would be equally likely to be True or False. So, when it is trained on a
random parity function, the probability that b ends up being True must be at most 1/2 + O(cpl/ 24,
Therefore, it must compute the final output correctly with probability 1/2 + O(Cpl/ M, ]

5.3 Proof of Theorem 6

Our next goal is to make a similar argument for stochastic gradient descent. We argue that if we
use noisy SGD to train a neural net on a random parity function, the probability distribution of
the resulting net is similar to the probability distribution of the net we would get if we trained
it on random values in B"*!. This will be significantly harder to prove than in the case of noisy
gradient descent, because while the difference in the expected gradients is exponentially small, the
gradient at a given sample may not be. As such, drowning out the signal will require much more
noise. However, before we get into the details, we will need to formally define a noisy version of
SGD, which is as follows.

NoisySampleGradientDescentStep(f, G, Y, X, L, v, B, 0):
1. For each (v,v") € E(G):

(a) Set
OL(eval(y,c)(X) = Y)

awv,v’

/ _
Wy = Wyt — 7 + Oy

(b) Ifwy,,, < —B,setw, , =—B.
(c) Ifw] , > B, set w, , = B.

2. Return the graph that is identical to G except that its edge weight are given by the w’.

NoisyStochasticGradientDescentAlgorithm(f, G, Pz, L, v, B, A, t):
1. Set Gp = G.
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2. If any of the edge weights in Gy are less than — B, set all such weights to —B.
3. If any of the edge weights in G are greater than B, set all such weights to B.
4. For each 0 <17 < t:

(a) Draw (X;,Y;) ~ Pz, independently of all previous values.
(b) Generate §®) by independently drawing 5(i)v, from A for each (v,v') € E(G).

v,

(¢) Set Giy1 = NoisySampleGradient DescentStep(f, Gy, Yi, Xi, L,~, B,6®)

5. Return G;.

PerturbedStochasticGradientDescentAlgorithm(f, G, Pz, L, 7, §, t):
1. Set Gy = G.
2. For each 0 < i < ¢

(a) Draw (X;,Y;) ~ Pz, independently of all previous values.
(b) Set G;1+1 = NoisySampleGradient DescentStep(f,Gi,Y:, Xs, L, 7,00, ;)

3. Return G;.

5.3.1 Uniform noise and SLAs

The simplest way to add noise in order to impede learning a parity function would be to add noise
drawn from a uniform distribution in order to drown out the information provided by the changes
in edge weights. More precisely, consider setting A equal to the uniform distribution on [—C, C]. If
the change in each edge weight prior to including the noise always has an absolute value less than D
for some D < C, then with probability C_TD, the change in a given edge weight including noise will
be in [—(C' — D),C — D]. Furthermore, any value in this range is equally likely to occur regardless
of what the change in weight was prior to the noise term, which means that the edge’s new weight
provides no information on the sample used in that step. If D/C = o(nE(G)/In(n)) then this will
result in there being o(n/log(n)) changes in weight that provide any relevant information in each
timestep. So, the resulting algorithm will not be able to learn the parity function by an extension
of corollary 9. This leads to the following result:

Theorem 11. Letn >0,y >0, D > 0, t = 2007, (f, G) be a normal? neural net of size polynomial
inn, and L : R — R be a smooth, convez, symmetric function with L(0) = 0. Also, let A be the
uniform probability distribution on [—~D|E(G)|, D|E(G)|]. Now, let S be a random subset of [n]
and Pz be the probability distribution (X,ps(X)) when X is drawn randomly from B™. Then when
NoisyStochasticGradientDescentAlgorithm(f, G, Pz, L, v, 0o, A, t) is run on a computer that uses
O(log(n)) bits to store each edge’s weight, with probability 1 — o(1) either there is at least one step
when the adjustment to one of the weights prior to the noise term has absolute value greater than D
or the resulting neural net fails to compute pg with nontrivial accuracy.

22We say that (f, G) is normal if f is a smooth function, the derivative of f is positive everywhere, the derivative
of f is bounded, limg—, oo f(z) = 0, limy— o0 f(z) = 1, and G has an edge from the constant vertex to every other
vertex except the input vertices.
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This is a side result and we provide a concise proof.

Proof. Consider the following attempt to simulate NoisyStochasticGradientDescentAlgorithm(f,
G, Pz, L, 7, 0o, A, t) with a sequential learning algorithm. First, independently draw bf: s from
the uniform probability distribution on [—D|FE(G)| + D, D|E(G)| — D] for each (v,v') € E(G) and
t' < t. Next, simulate NoisyStochasticGradientDescentAlgorithm(f, G, Pz, L, 7, oo, A, t) with
the following modifications. If there is ever a step where one of the adjustments to the weights
before the noise term is added in is greater than D, record “failure” and give up. If there is ever a
step where more than n/In?(n) of the weights change by more than D|E(G)| — D after including
the noise record "failure” and give up. Otherwise, record a list of which weights changed by more
than D|E(G)| — D and exactly what they changed by. In all subsequent steps, assume that W, ./
increased by bf)/ , in step ' unless the amount it changed by in that step is recorded.

First, note ‘that if the values of b are computed in advance, the rest of this algorithm is a
sequential learning algorithm that records O(n/log(n)) bits of information per step and runs for a
subexponential number of steps. As such, any attempt to compute pg(X) based on the information
provided by its records will have accuracy 1/2 + o(1) with probability 1 — o(1). Next, observe
that in a given step in which all of the adjustments to weights before the noise is added in are
at most D, each weight has a probability of changing by more than D|E(G)| — D of at most
1/|E(G)| and these probabilities are independent. As such, with probability 1 — o(1), the algorithm
will not record ”failure” as a result of more than n/In?(n) of the weights changing by more than
D|E(G)| — D. Furthermore, the probability distribution of the change in the weight of a given
vertex conditioned on the assumption that said change is at most D|E(G)| — D and a fixed value
of said change prior to the inclusion of the noise term that has an absolute value of at most D
is the uniform probability distribution on [-D|E(G)| + D, D|E(G)| — D]. As such, substituting
the values of bf)/ ,+ for the actual changes in weights that change by less than D|E(G)| — D has no
effect on the prébabﬂity distribution of the resulting graph. As such, the probability distribution of
the network resulting from NoisyStochasticGradientDescentAlgorithm(f, G, Pz, L, v, oo, A, t) if
none of the weights change by more than D before noise is factored in differs from the probabiliy
distribution of the network generated by this algorithm if it suceeds by o(1). Thus, the fact
that the SLA cannot generate a network that computed pg with nontrivial accuracy implies that
NoisyStochasticGradientDescentAlgorithm(f, G, Pz, L, v, co, A, t) also fails to generate a network
that computes pg with nontrivial accuracy. O

Remark 13. At first glance, the amount of noise required by this theorem is ridiculously large, as
it will almost always be the dominant contribution to the change in any weight in any given step.
However, since the noise is random it will tend to largely cancel out over a longer period of time.
As such, the result of this noisy version of stochastic gradient descent will tend to be similar to
the result of reqular stochastic gradient descent if the learning rate is small enough. In particular,
this form of noisy gradient descent will be able to learn to compute most reasonable functions with
nontrivial accuracy for most sets of starting weights, and it will be able to learn to compute some
functions with nearly optimal accuracy. Admittedly, it still requires a learning rate that is smaller
than anything people are likely to use in practice.

We next move to handling lower levels of noise.

5.3.2 Gaussian noise, noise accumulation, and blurring

While the previous result works, it requires more noise than we would really like. The biggest
problem with it is that it ultimately argues that even given a complete list of the changes in all

40



edge weights at each time step, there is no way to determine the parity function with nontrivial
accuracy, and this requires a lot of noise. However, in order to prove that a neural net optimized
by noisy SGD (NSGD) cannot learn to compute the parity function, it suffices to prove that one
cannot determine the parity function from the edge weights at a single time step. Furthermore, in
order to prove this, we can use the fact that noise accumulates over multiple time steps and argue
that the amount of accumulated noise is large enough to drown out the information on the function
provided by each input.

More formally, we plan to do the following. First of all, we will be running NSGD with a
small amount of Gaussian noise added to each weight in each time step, and a larger amount of
Gaussian noise added to the initial weights. Under these circumstances, the probability distribution
of the edge weights resulting from running NSGD on truly random input for a given number of
steps will be approximately equal to the convolution of a multivariable Gaussian distribution with
something else. As such, it would be possible to construct an oracle approximating the edge weights
such that the probability distribution of the edge weights given the oracle’s output is essentially a
multivariable Gaussian distribution. Next, we show that given any function on B"!, the expected
value of the function on an input generated by a random parity function is approximately equal
to its expected value on a true random input. Then, we use that to show that given a slight
perturbation of a Gaussian distribution for each z € B"*!, the distribution resulting from averaging
togetherthe perturbed distributions generated by a random parity function is approximately the
same as the distribution resulting from averaging together all of the perturbed distributions. Finally,
we conclude that the probability distribution of the edge weights after this time step is essentially
the same when the input is generated by a random parity function is it is when the input is truly
random.

Our first order of business is to establish that the probability distribution of the weights will be
approximately equal to the convolution of a multivariable Gaussian distribution with something
else, and to do that we will need the following definition.

Definition 14. For o,e > 0 and a probability distribution ﬁ, a probability distribution P over R™
is a (o, €)-blurring of P if R
||P—PxN(0,0I)|; <2e

In this situation we also say that P is a (o, €)-blurring. If o < 0 we consider every probability
distribution as being a (o, €)-blurring for all e.

The following are obvious consequences of this definition:

Lemma 3. Let P be a collection of (o, €)-blurrings for some given o and €. Now, select P ~ P
according to some probability distribution, and then randomly select x ~ P. The probability
distribution of x is also a (o, €)-blurring.

Lemma 4. Let P be a (o,¢€)-blurring and ¢’ > 0. Then P« N (0,0'I) is a (o + o', €)-blurring

We want to prove that if the probability distribution of the weights at one time step is a blurring,
then the probability distribution of the weights at the next time step is also a blurring. In order
to do that, we need to prove that a slight distortion of a blurring is still a bluring. The first step
towards that proof is the following lemma:

Lemma 5. Let 0,B > 0, m be a positive integer, m+/20/m < r < 1/(mB), and f : R™ — R™
such that f(0) =0, 69{; (0)] =0 for all i and j, and 169228/2: —(x)| < B for alli, j, j', and all x with
J

llz||1 < r. Neat, let P be the probability distribution of X + f(X) when X ~ N (0,0I). Then P is a

(0, €)-blurring for e = Am+2)m?B 820/7r+3m5B20 +(1- er)e_(r/z\/‘?_m/mf/m.
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Proof. First, note that for any = with ||z||; < 7 and any ¢ and j, it must be the case that
ng;(xH < Bl|z||1 < Br. That in turn means that for any x, 2’ with |z||1, ||2’||1 < r and any i, it
must be the case that |f(x); — f(2');| < Br||z — 2'||1 with equality only if x = 2/. In particular, this
means that for any such z, 2/, it must be the case that || f(x) — f(2')|[1 < mBr||z—2'||; < ||z —2'|1
with equality only if x = 2’. Thus, x + f(z) # 2’ + f(2') unless z = 2’. Also, note that the bound
on the second derivatives of f implies that |f;(x)| < B||z||3/2 for all [|z||; < 7 and all 4. This means
that

[P = N(0,01)|1
<2 2/ min ((zm)*m/%*”xll%/%, (2m0) "2~ le+F@IE/20 4 [VfT](a;)y) dz
z:||z|[1<r

<9-— 2/ (2r0) /2~ Izl 3+ Bllell}/24mB2l[1/4)/20 (1 _ B |2||;)da
z:||z|[1<r

_ 2(2770)7”/2/ o lel13/20 _ (el 3+Blell}/2+mB2 el /020 (1 _ B |||y
z:||z|[1<r
+ 2(2m0) 2 / e~ lel3/20 g
@:||@| |1 >

_ 2(2m0) 2 / o—l12l3/20 _ o—(lall3+Bllall2/24mBlall /) /20
z:||z|[1<r

+ 2(2m0) /2 / Brnl[z|re~ (Iel+ Bl /24mB2 |l /4)/20

x|zl <r

+ 2(2m0) 2 / e~ lel3/20 g

z:||z|[1>r

3 2 4
< 2(27T0_)—m/2/ 2B||z||y ngB Hlee—HxH%/Qde
g

x:||z||1 <r

+ 2(2m0)™/2 /

3 2
< szmoyre [ 2Bl Bl
reR™ 8o

Bm||z|e”1715/27 g 4 2(2m)—m/2/ e—llel3/20 g,

fleffr<r zif|z][1 27

4
_ 2

+ 2(2770)_m/2/ Bm\|x||1e_”$”g/2”dx
reR™

+2(270)"™/%(1 — Bmr) / e~ l1ell3/20 g
x:||z||1>r
3

B B?
< W; \/803/7r+m47 -302+2m23\/2a/7r+2(27m)mﬂ(l—er)/ e 11#13/27 oy
o o

x:||z|[1>r

3 3m°B%o 2 —m)2 |[=]2/20
=m’B 20/7r+T+2m B+\/20 /7 + 2(270) (1 — Bmr) e 1712729 dg

x:||z|[1>r

4 2)m2B./2 °B?
(m+2)m 40/7T+3m 0+2(27m)m/2(1—er)/ o~ llzll3/20 g,

ail|al [y >r
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Next, observe that for any A > 0, it must be the case that

(2r0) /2 / o lIl13/20 g,
|1 >

< (2m0) /2o / Aol /o~ llal /20 g,
[|z][1 >

IN

(20)~M/2e=/a / Miall /o g~ llal3/20 g,
zeR™
:e—)\r/a (27’(‘0’)_1/2/ eAlzl/Je_x%/2Ud$1:|
L z1€R
:ef)\r/o 2(271’0’)1/2/ 6)\x1/a€$%/20d$1:|
L 0
— e*)\’r‘/(f 2(271,0_)71/2 /OO 6A2/206(11)\)2/20d$1:|
L 0
:e—)\r/a 26)\2/2a<27ra)—1/2/ e—x%/2adm1:|
L —-A

e—)\T/U _e>\2/20'(1+2>\/ /27r0_):|m

67)\7“/0'+m)\2 /204+2mA\/V 270

IN

<
In particular, if we set A = r/m — /20 /7, this shows that (270)~ f Yzl € —lll3/20 g <
e~ (r/2v/o=m/V2m)?/m The desired conclusion follows. O

Lemma 6. Let 0,B;,Bs > 0, m be a positive integer with m < 1/B1, m 20/71' <r<(1-
mB1)/(mBs), and f : R™ — R™ such that |ggl( )| < By for alli and j, and |ax ax —(x)| < Ba for

alli, 3, 7', and all x with ||z||1 < r. Next, let P be the probability distribution ofX—l—f( ) when X ~

N(0,01). Then P is a (1—mB1)%0, €)-blurring for ¢ = Am+2)m? Ba/20/n/ (1~ 7;31)+3m5320/(1 mBl)2

(1—-(1+ mBl)Ber)e_(T/Q\/E_m/m)Q/m.

Proof. First, define h : R™ — R™ such that h(z) = f(0) +z + [Vf®)T(0)z for all 2. Every
eigenvalue of [V f](0) has a magnitude of at most m By, so h is invertible. Next, define f*: R™ — R™

such that f*(z) = h~}(z + f(x)) — x for all 2. Clearly, f*(0) = 0, and 52 (0) = 0 for all i and j.

*

Furthermore, for any given x it must be the case that max; j jr |Bm 8x —[ > (1- mBl) max; j j/ |8x o |.
J

So, ]83 8{; ~| < By/(1—mBy) for all 4, j, j', and all x with [[z]|; <. Now, let P* be the probability

distribution of & + f*(z) when x ~ N (0,0I). By the previous lemma, P* is a (o, €)-blurring for
4(m+4-2)m?Bay/20 /7 /(1— ?Bl)+3m5350'/(1 mB1)? i (1 . (1 +mBl)Bgmr)e_(T/Q\/E_m/m)Q/m.

Now, let P* be a probability distribution such that P* is a (o, €)-blurring of P*. Next, let P be
the probability distribution of h(z) when z is drawn from P*. Also, let M = (I + [V fT]7(0))(I +
[V£T1(0)). The fact that ||P* — P*« N'(0,01)||; < 2¢ implies that

|P— P N(0,0 M)l < 2¢

43



For any = € R™, it must be the case that

z- Mz > |z]|3 — 2Bi||z|[} — mB||«|[}

> |[a[[3 = 2mBil|al|3 — m*Bi||z|l3 = (1 — mB1)?[[«]|3

That in turn means that oM — o(1 — mB1)?1 is positive semidefinite. So, P x N(0,0M) =
P« N(0,0M — (1 —mBy)*I) * N(0,0(1 — mB1)*I), which proves that P is a ((1 — mB1)?0, €)-
blurring of P * N'(0,0M — o(1 — mBy)*I). O

Any blurring is approximately equal to a linear combination of Gaussian distributions, so this
should imply a similar result for X drawn from a (o, €) blurring. However, we are likely to use
functions that have derivatives that are large in some places. Not all of the Gaussian distributions
that the blurring combines will necessarily have centers that are far enough from the high derivative
regions. As such, we need to add an assumption that the centers of the distributions are in regions
where the derivatives are small. We formalize the concept of being in a region where the derivatives
are small as follows.

Definition 15. Let f : R™ — R™, x € R™, and r, By, By > 0. Then f is (r, B1, Bg)-stable at = if
\ggj (0)] < By for alli and j and all 2’ with ||2' — z||1 <, and ]agg;j,] < By for alli, j, j', and

all " with ||x' — z||1 < 2r. Otherwise, f is (r, By, Ba)-unstable at x.

This allows us to state the following variant of the previous lemma.

Lemma 7. Let 0,B1,By > 0, m be a positive integer with m < 1/By, m\/20/m < r < (1 —
mB1)/(mBs), and f : R™ — R™ such that there exists x with ||w||1 < r such that f is (r, Bi, Ba)-
stable at x. Next, let P be the probability distribution of X + f(X) when X ~ N(0,0I). Then

P is a ((1 _ mBl)QO', 6)-blu7’rmg fO’f’ ¢ — 4(m+2)m232\/20/7r/(l—gBl)+3m5B§U/(l—mB1)2 n (1 B (1 n

mBl)Bzmr)e_(r/Qﬁ_m/mP/m.

Proof. |%(O)| < By for all 7 and j, and ]8528’;' ()| < By for all i, j, j/, and all 2’ with ||2'|]; < r.
J JOL !
Then, the desired conclusion follows by the previous lemma. O

This lemma could be relatively easily used to prove that if we draw X from a (o, €)-blurring
instead of drawing it from N (0,07) and f is stable at X with high probability then the probability
distribution of X + f(X) will be a (o', ¢)-blurring for ¢/ ~ o and € ~ e. However, that is not quite
what we will need. The issue is that we are going to repeatedly apply a transformation along these
lines to a variable. If all we know is that its probability distribution is a (o), ¢())-blurring in each
step, then we potentially have a probability of ¢® each time step that it behaves badly in that step.
That is consistent with there being a probability of > ¢® that it behaves badly eventually, which is
too high.

In order to avoid this, we will think of these blurrings as approximations of a (o,0) blurring.
Then, we will need to show that if X is good in the sense of being present in the idealized form
of the blurring then X + f(X) will also be good. In order to do that, we will need the following
definition.

Definition 16. Let P be a (o,¢€)-blurring of ]3, and X ~ P. A o-revision of X to P is a random
pair (X', M) such that the probability distribution of M is ]3, the probability distribution of X' given
that M = 11 is N'(p,01), and P[X' # X] = ||P — N'(0,01) % P||1/2. Note that a o-revision of X to
P will always exist.
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5.3.3 Means, SLAs, and Gaussian distributions

Our plan now is to consider a version of NoisyStochasticGradientDescent in which the edge weights
get revised after each step and then to show that under suitable assumptions when this algorithm
is executed none of the revisions actually change the values of any of the edge weights. Then, we
will show that whether the samples are generated randomly or by a parity function has minimal
effect on the probability distribution of the edge weights after each step, allowing us to revise the
edge weights in both cases to the same probability distribution. That will allow us to prove that
the probability distribution of the final edge weights is nearly independent of which probability
distribution the samples are drawn from.

The next step towards doing that is to show that if we run NoisySampleGradientDescentStep on
a neural network with edge weights drawn from a linear combination of Gaussian distributions, the
probability distribution of the resulting graph is essentially independent of what parity function we
used to generate the sample. In order to do that, we are going to need some more results on the
difficulty of distinguishing an unknown parity function from a random function. First of all, recall
that corollary 4 says that

Corollary 10. Let n > 0 and f : B"t! = R. Also, let X be a random element of B™ and Y be a
random element of B. Then

B (X, Y)] = B (X, ps (X)) < 2 VE[f2((X, V)]

sCln]
We can apply this to probability distributions to get the following.

Theorem 12. Let m > 0, and for each z € B"!, let P, be a probability distribution on R™
with probability density function f.. Now, randomly select Z € B"t! and X € B™ uniformly and
independently. Next, draw W from Py and W/ from Pix py(x)) for each s C [n]. Let P* be the
probability distribution of W and P} be the probability distribution of W, for each s. Then

2" P* — P¥||; < 27"/? a d
g[,;] I Tl < - fz(w)dw

Proof. Let f*=2""1%" egn+1 f= be the probability density function of P*, and for each s C [n],
let fi =27"%" cgn f(a,ps(x)) De the probability density function of P;.
For any w € R™, we have that

D1 (w) = fi(w)

sCln]

= Y |Elfz(w)] = Elf(xp.x)) (W)l

sCln]
< 2"\ B[} (w)]

<22 ma
= zgén}j-l fz(w)

That means that
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> P = Pl
]

sCln
=Y [ 15w - fiw)du
sCln) "R
< [ 315w - fiwld
" sCln)
< on/? max f,(w)dw
Rm z€Bn+1

O

In particular, if these probability distributions are the result of applying a well-behaved distortion
function to a Gaussian distribution, we have the following.

Theorem 13. Let 0,By, By > 0, and n and m be positive integers with m < 1/B;. Also, for
every z € B" let £(2) : R™ — R™ be a function such that |fi(z) (w)| < By for all i and w and

(2)
% w)| < By for all i, j, and w. Now, randomly select Z € B and X € B™ uniformly and
ow;

independently. Next, draw Wy from N'(0,01), set W = Wo+ f O (Wo) and W! = Wy+ f5rs(XD) (W)
for each s C [n]. Let P* be the probability distribution of W and P} be the probability distribution
of W! for each s. Then

2 Y IP — Pfl < 272 PO (1 - mBy)

sC[n]

8fi(z)
ow;

Proof. First, note that the bound on | (w)| ensures that if w + f&)(w) = w’ + f&)(w') then

w = w'. So, for any z and w, the probability density function of Wy + f (Z)(Wo) at w is less than or
equal to

(27r0)—m/2€— > max2(|wi\—Bo,0)/20/’I + [Vf(z)]T(’LU)’
which is less than or equal to

(27T0')7m/267 Sy maxQ(\wi|fBQ,O)/2a/(1 - mBl)

By the previous theorem, that implies that

27" Y 1P = Pl

sCln]

< 2—n/2/ (27_[_0_)—m/26— >y max2(|wi\—Bo,0)/20/(1 _ mBl)dw

m

_9n/2 [/(27m,)1/26max2(w'Bo,o)/zgdw/ /(1 —mBy)
R

= 27"2[1 4+ 2By/V2r0|™ /(1 — mB;)
< 2—n/2 . e2mBo/\/27r0/(1 _ mBl)
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The problem with this result is that it requires f to have values and derivatives that are bounded
everywhere, and the functions that we will encounter in practice will not necessarily have that
property. We can reasonably require that our functions have bounded values and derivatives in the
regions we are likely to evaluate them on, but not in the entire space. Our solution to this will be
to replace the functions with new functions that have the same value as them in small regions that
we are likely to evaluate them on, and that obey the desired bounds. The fact that we can do so is
established by the following theorem.

Theorem 14. Let By, By, B, 7,0 > 0, p € R™, and f : R™ — R™ such that there exists x
with ||x — ull1 < r such that f is (r, By, Ba)-stable at = and |f;(x)| < By for all i. Then there
exists a function f* : R™ — R™ such that f*(z) = f(x) for all x with ||lx — plli < r, and
|fi(z)| < Bo + 2rBy + 2r?By and |%(x)| <2B; +2rBy for allx € R™ and i,j € [m].

Proof. First, observe that the (r, By, Bg)-stability of f at  implies that for every 2’ with ||z —2/|| <
2r, we have that |g—£(az/)] < By + 1By and |f;(2")| < By + 2r(B;1 + rBy). In particular, this holds
for all ' with ||2' — p|l1 < 2r —|jz — pl)1 <.

That means that there exists 7/ > r such that the values and derivatives of f satisfy the
desired bounds for all 2’ with |[2’ — pl|[; < 7/. Now, define the function f : R™ — R™ such that
f(@") = f(p+ (2" —p)-r'/||2" — p||1). This function satisfies the bounds for all 2’ with ||z'||1 > 7,
except that it may not be differentiable when a:; = p; for some j. Consider defining f*(z’) to be
equal to f(z') when ||z' — p|[; <" and f’(2') otherwise. This would almost work, except that it
may not be differentiable when [[z" — p|[1 =7/, or |[2" — ul[1 > " and 2, = ; for some j.

In order to fix this, we define a smooth function h of bounded derivative such that h(z') = 0
whenever ||2' — u||; <7, and h(z’) > 1 whenever ||z’ — p||1 > /. Then, for all sufficiently small
positive constants §, f** N(0,8 - h?(2')I) has the desired properties. O

Combining this with the previous theorem yields the following.

Corollary 11. Let 0, By, B1,Ba,r > 0, u € R™, and n and m be positive integers with m <
1/(2B1 4 2rBy). Then, for every z € B™*1, let f*) : R™ — R™ be a function such that there exists
x with ||z — pll1 <7 such that f is (r, Bi, Ba)-stable at x and |fi(x)| < By for all i. Next, draw Wy
from N(u,ol). Now, randomly select Z € B"*1 and X € B"™ uniformly and independently. Then,
set W =Wy + fE (W) and W! = Wy + fPsXD)(Wy) for each s C [n]. Let P* be the probability
distribution of W and P} be the probability distribution of W for each s. Then

9—n Z HP*_Ps*Hl < an/Q.eQm(Bg+2rBl+2r232)/\/27ro'/(1_2mBl _2rm32)+267(r/2\/57m/\/ﬂ)2/m

5]

Proof. For each z, we can define f(** as an approximation of f(*) as explained in the previous
theorem. ||Wy — pll1 < r with a probability of at least 1 — e~ (r/2va=m/V2m)?/m in which case
fE*(Wy) = f&) (W) for all z. For a random s, the probability distributions of Wy 4 f(4)* (W)
and Wy 4 fP=CD* (W) have an L difference of at most 277/2 . ¢2m(Bo+2rBi+2r2B2)/v2mo /(1 _
2mB; — 2rmDBs) on average by 13. Combining these yields the desired result. O

That finally gives us the components needed to prove the following.

Theorem 15. Let m,n > 0 and define f1¥ : R™ — R™ to be a smooth function for all z € B"1.
Also, let 0, By, B1,Ba > 0 such that By < 1/2m, m+\/20/m < r < (1 —2mB;)/(2mB3), T be a
positive integer, and po € R™. Then, let x be the uniform distribution on B"*!, and for each s C [n],
let ps be the probability distribution of (X,ps(X)) when X is chosen randomly from B™. Next, let
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Pz be a probability distribution on B"t! that is chosen by means of the following procedure. First,
with probability 1/2, set Pz = . Otherwise, select a random S C [n] and set Pz = pg.

Now, draw WO from N (uo,ol), Z'ndependently draw Z; ~ Pz and A(i) N(0,[2mB; —
m?B3]ol) for all0 < i <T. Then, set WO = W01 4 flZJ(Ww=1D) £ A® for each 0 <i < T,
and let p be the probability that there exists 0 < i < T such that Fl4il g (r, B1, Ba)-unstable at W(’)
or ||FENW®)||o > By. Finally, let Q and @', be the probability distribution of W) given that
Pz = % and the probability distribution of W) given that Pz = ps. Then

2" Z 1Q — QLll1 < 4p+ T(4e + € +4€")

sCln]
where

4(m + 2)m?By+\/20/7 /(1 — mBy) + 3m®B3a /(1 — mB1)?
8
+(1-(1+ mB1)BQmT)ef(r/2\/‘;’m/m)2/m

6/ — 27n/2 . eQm(BQ+27‘Bl+2TQBQ)/\/27‘(‘0/(1 o 2mBl o QTmBQ) + 267(7‘/2\/57711/\/?)2/7)1

el — e—(r/2\/E—m/\/ﬁ)2/m

Proof. In order to prove this, we plan to define new variables W such that W@ = W@ with
high probability for each ¢ and the probability distribution of WO i independent of Pz. More
precisely, we define the variables W( i) W( 0 and M@ for each i as follows. First, set M MO = = Lo
and WO = WO = w©),

Next, for a function f and a point w, we say that f is quasistable at w if there exists w’ such that
l[w' —w||y <7, f%lis (r, By, By)-stable at w’, and || f1%)(w')||oc < Bo, and that it is quasiunstable
at w otherwise. .

for each 0 < ¢ < T, if fl%i is quasistable at M~ set

W) = W61 4 flZl (-0 4 AG)

Otherwise, set

w@ = =1 L A6

Next, for each p, let P,gi) be the probability distribution of w® given that Pz = p. Then,
define P(9) as a probability distribution such that P,Ei) is a (o, €9)-blurring of P with ¢ as small
as possible. Finally, for each p, if Pz = p, let (W(i)’, M(i)) be a o-revision of W® to PG,

In order to analyse the behavior of these variables, we will need to make a series of observations.
First, note that for every 4, p, and p the probability distribution of W=y given that Pz = p and
MO = is N (u,0I). Also, either f [i] is quasistable at p or 0 is quasistable at u. Either way,
the probability distribution of W under these circumstances must be a (0, €)-blurring by Lemma
7 and Lemma 4. That in turn means that Pp(i) is a (o, €) blurring for all ¢ and p, and thus that P,Ei)
must be a (o, €) blurring of P, Furthermore, by the previous corollary,

2 Y PO P <

sCln]
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The combination of these implies that

27" Z IIN(0, 01) % PD —Pg?\h <2 +¢

sCn]

which in turn means that P[W®" £ W®] < ¢ + ¢'/4. That in turn means that with probability at
least 1 — T'(e + €//4) it is the case that WO =W for all i.

If W = W( D) for all i and W £ W) then there must exist some i such that W01/ =
W=D byt W # W@ That in turn means that

WO 2w
= w4 plE@lw =Dy £ AG
— w1 4 f[Zi](W(i—l)/) +AD

It Fl4i] were quasistable at M~Y that is exactly the formula that would be used to calculate
W so FIZ] must be quasiunstable at M0~ That in turn requires that either FIZil is (r, By, Ba)-
unstable at WD = W=D || fIZIWE=D)||, > By, or ||[WE=D = MG=D||; > 7. With probability
at least 1 — p, neither of the ﬁrst two scenarios occur for any i, while for any given ¢ the later occurs
with a probability of at most ¢”. Thus,

PWT 2 W) < p+ T(e+€/4+€")
The probability distribution of W s independent of Pz, so it must be the case that

2" 3 Q-Q |l < 2PWT £ WD Pz = ] +2P[WT £ WD | Pz £ 4] < dp+T(de+e +4e”)

sC[n]
O

In particular, if we let (h, G) be a neural net, Gy be G with its edge weights changed to the
elements of W, L be a loss function,

T W) = Lieval ey ) (@) — v),

and f@Y) = —nyf(z’y) for each x,y then this translates to the following.

Corollary 12. Let (h,G) be a neural net with n inputs and m edges, Gy be G with its edge weights
changed to the elements of W, and L be a loss function. Also, let v, 0, By, B1, Bo > 0 such that
By <1/2m, m\/20/7 <r < (1—2mBy)/(2mBz2), and T be a positive integer. Then, let x be the
uniform distribution on B"*1, and for each s C [n], let ps be the probability distribution of (X, ps(X))
when X is chosen randomly from B™. Neaxt, let Pz be a probability distribution on B"! that is
chosen by means of the following procedure. First, with probability 1/2, set Pz = x. Otherwise,
select a random S C [n] and set Pz = pg.

Now, let G' be G with each of its edge weights perturbed by an independently generated variable
drawn from N(0,01) and run
NoisyStochasticGradient Descent Algorithm(h, G, Pz, L,~y, 00, N'(0, [2mBy—m?B?|o1),T). Then,
let p be the probability that there exists 0 < i < T such that at least one of the following holds:

1. One of the first derivatives of L(evaly, ,)(X;) —Y;) with respect to the edge weights has
magnitude greater than By/~.
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2. There exists a perturbation G of G; with no edge weight changed by more than r such that
one of the second derivatives of L(eval(hygg)(Xi) —Y;) with respect to the edge weights has
magnitude greater than By /7.

3. There exists a perturbation G’ of G; with no edge weight changed by more than 2r such that one
of the third derivatives of L(eval(h,G;)(Xi) —Y;) with respect to the edge weights has magnitude
greater than By /7.

Finally, let Q be the probability distribution of the final edge weights given that Pz = x and Q' be
the probability distribution of the final edge weights given that Pz = ps. Then

27" 3 IQ - Qullt < 4p+ T(de + € +4¢”)

sCln]

where
4(m + 2)m2B2\/20/7r/(1 —mBy) + 3m5B%0/(1 — mBl)2
8
+(1-(1+ mBl)Ber)e*(r/Qﬁ*m/m)Q/m

e — 2fn/2 . 62m(BQ+2rBl+2rng)/\/27ro/(1 —o9mB; — 27’mB2) + 267(1“/2\/57771/\/%)2/771

e — ef(r/Q\/Efm/\/ﬂ)z/m
Corollary 13. Let (h,G) be a neural net with n inputs and m edges, Gy be G with its edge
weights changed to the elements of W, L be a loss function, and B > 0. Next, define v such that
0 <~ < mn/80m?B, and let T be a positive integer. Then, let x be the uniform distribution on
B"*! and for each s C [n], let ps be the probability distribution of (X,ps(X)) when X is chosen
randomly from B™. Neat, let Pz be a probability distribution on B™t! that is chosen by means of the
following procedure. First, with probability 1/2, set Pz = . Otherwise, select a random S C [n]
and set Pz = pg.
2
Next, set 0 = <W) /27. Now, let G' be G with each of its edge weights perturbed by an

independently generated variable drawn from N(0,01) and run

NoisyStochasticGradient Descent Algorithm(h, G', Pz, L,~,00, N'(0, [2mBy—m?B%y2|aI),T). Let
p be the probability that there exists 0 < i < T such that there exists a perturbation G of G; with
no edge weight changed by more than 160m>yB/mn such that one of the first three derivatives of
L(eval, ¢,y (Xi) — Yi) with respect to the edge weights has magnitude greater than B. Finally, let Q
be the probability distribution of the final edge weights given that Pz = * and @, be the probability
distribution of the final edge weights given that Pz = ps. Then

27" > |Q — Qlllr < 4p + T(720m™* B>y [, + 14[e/4]"*)

sC[n]

Proof. First, set r = 80m2yB/nn. Also, set B = By = B3 = vB. By the previous corollary, we

have that
27" Z 1Q — QL1 <4p+ T(4e+ € +4€")
sCln]
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where

4(m + 2)m?Bay/20 /7 /(1 — mB1) + 3m®B3a /(1 — mB1)?
8
+(1-(1+ mBl)Ber)e_(r/Q‘/E_m/m)Q/m

€ =

e = 2—n/2 . 62m(B()+27‘B1+27’2B2)/\/27T0'/(1 —2mB; — 2’FmBQ) + 26—(r/2\/c7—m/\/§)2/m

e — ef(r/2\/57m/\/ﬂ)2/m

If 720m*B2?~?%/7n > 2, then the conclusion of this corollary is uninterestingly true. Otherwise,
e < 180m*2B2?/mn + €. Either way, ¢ < 4[e/4]"/* + 2¢", and ¢’ < e ™27 m > n and
el/?™ > [4/e]V/*, so € < [e/4]™*. The desired conclusion follows. O

That allows us to prove the following elaboration of theorem 6.

Theorem 16. Let (h,G) be a neural net with n inputs and m edges, Gy be G with its edge
weights changed to the elements of W, L be a loss function, and B > 0. Next, define v such
that 0 < v < mn/80m?2B, and let T be a positive integer. Then, for each s C [n], let ps be the
probability distribution of (X,ps(X)) when X is chosen randomly from B"™. Now, select S C [n] at

random. Next, set 0 = (W)Q /27, Now, let G’ be G with each of its edge weights perturbed by
an independently generated variable drawn from N(0,01) and run
NoisyStochasticGradient Descent Algorithm(h, G', Pz, L,~, 00, N'(0, [2mBy—m?B%y2|aI),T). Let
p be the probability that there exists 0 < i < T such that there exists a perturbation G of G; with
no edge weight changed by more than 160m2yB/nn such that one of the first three derivatives
of L(eval(, g,y (Xi) — Yi) with respect to the edge weights has magnitude greater than B. For
a random X € B™, the probability that the resulting net computes ps(X) correctly is at most
1/2 4 2p 4 T(360m*B%y? /mn + Te/4]™*).

Proof. Let Q' be the probability distribution of the resulting neural net given that S = s, and let
Q@ be the probability distribution of the net output by NoisyStochasticGradientDescent Algorithm
(h, G’ %, L,7,00, N (0, 2mBy — m?>B?+?*oI),T), where % is the uniform distribution on B"*1. Also,
for each (z,y) € B"*!, let R(x,y) be the set of all neural nets that output y when given = as input.
The probability that the neural net in question computes pg(X) correctly is at most

9—2n Z PGNQ’S [(f,G) € Rw,ps(y)]

sCln],zeB™

<27 Z Pal(f.G) € Ry py(w)] +11Q — Qall/2

sC[n],xeBn

< 1/2 4 2p + T(360m* B?4? /n + T[e/4]"/*)

6 Proofs of positive results: universality of deep learning

In previous sections, we were attempting to show that under some set of conditions a neural net
trained by SGD is unable to learn a function that is reasonably learnable. However, there are
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some fairly reasonable conditions under which we actually can use a neural net trained by SGD to
learn any function that is reasonably learnable. More precisely, we claim that given any probability
distribution of functions from {0,1}"™ — {0,1} such that there exists an algorithm that learns a
random function drawn from this distribution with accuracy 1/2 + € using a polynomial amount of
time, memory, and samples, there exists a series of polynomial-sized neural networks that can be
constructed in polynomial time and that can learn a random function drawn from this distribution
with an accuracy of at least 1/2 + € after being trained by SGD on a polynomial number of samples
despite possibly poly-noise.

6.1 Emulation of arbitrary algorithms

Any algorithm that learns a function from samples must repeatedly get a new sample and then
change some of the values in its memory in a way that is determined by the current values in its
memory and the value of the sample. Eventually, it must also attempt to compute the function’s
output based on its input and the values in memory. If the learning algorithm is efficient, then there
must be a polynomial-sized circuit that computes the values in the algorithm’s memory in the next
timestep from the sample it was given and its memory values in the current timestep. Likewise,
there must be a polynomial-sized circuit that computes its guesses of the function’s output from the
function’s input and the values in its memory.

Any polynomial-sized circuit can be translated into a neural net of polynomial size. Normally,
stochastic gradient descent would tend to alter the weights of edges in that net, which might cause
it to stop performing the calculations that we want. However, we can prevent its edge weights
from changing by using an activation function that is constant in some areas, and ensuring that
the nodes in the translated circuit always get inputs in that range. That way, the derivatives of
their activation levels with respect to the weights of any of the edges leading to them are 0, so
backpropagation will never change the edge weights in the net. That leaves the issue of giving the
net some memory that it can read and write. A neural net’s memory takes the form of its edge
weights. Normally, we would not be able to precisely control how stochastic gradient descent would
alter these weights. However, it is possible to design the net in such a way that if certain vertices
output certain values, then every path to the output through a designated edge will pass through a
vertex that has a total input in one of the flat parts of the activation function. So, if those vertices
are set that way the derivative of the loss function with respect to the edge weight in question will
be 0, and the weight will not change. That would allow us to control whether or not the edge weight
changes, which gives us a way of setting the values in memory. As such, we can create a neural
net that carries out this algorithm when it is trained by means of stochastic gradient descent with
appropriate samples and learning rate. This net will contain the following components:

1. The output vertex. This is the output vertex of the net, and the net will be designed in such a
way that it always has a value of +1.

2. The input bits. These will include the regular input vertices for the function in question.
However, there will also be a couple of extra input bits that are to be set randomly in
each timestep. They will provide a source of randomness that is necessary for the net to
run randomized algorithms??, in addition to some other guesswork that will turn out to be
necessary (see more on this below).

23Two random bits will always be sufficient because the algorithm can spend as many timesteps as it needs copying
random bits into memory and ignoring the rest of its input.
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3. The memory component. For each bit of memory that the original algorithm uses, the net
will have a vertex with an edge from the constant vertex that will be set to either a positive
or negative value depending on whether that bit is currently set to 0 or 1. Each such vertex
will also have an edge leading to another vertex which is connected to the output vertex by
two paths. The middle vertex in each of these paths will also have an edge from a control
vertex. If the control vertex has a value of 2, then that vertex’s activation will be 0, which
will result in all subsequent vertices on that path outputting 0, and none of the edge weights
on that path changing as a result of backpropagation along that path. On the other hand, if
the control vertex has a value of 0, then that vertex will have a nonzero activation, and so will
all subsequent vertices on that path. The learning rate will be chosen so that in this case, if
the net gives the wrong output, the weight of every edge on this path will be multiplied by
—1. This will allow the computation component to set values in memory using the control
vertices. (See definition 17 and lemma 9 for details on the memory component.)

4. The computation component. This component will have edges leading to it from the inputs
and from the memory component. It will use the inputs and the values in memory to compute
what the net should output and what to set the memory bits to at the end of the current
timestep if the net’s output is wrong. There will be edges leading from the appropriate vertices
in this component to the control vertices in the memory component in order to set the bits to
the values it has computed. If the net’s output is right, the derivative of the loss function with
respect to any edge weight will be 0, so the entire net will not change. This component will be
constructed in such a way that the derivative of the loss function with respect to the weights of
its edges will always be 0. As a result, none of the edge weights in the computation component
will ever change, as explained in lemma 8. This component will also decide whether or not
the net has learned enough about the function in question based on the values in memory.
If it thinks that it still needs to learn, then it will have the net output a random value and
attempt to set the values in memory to whatever they should be set to if that guess is wrong.
If it thinks that it has learned enough, then it will try to get the output right and leave the
values in memory unchanged.

See Figure 3 for a representation of the overall net. One complication that this approach
encounters is that if the net outputs the correct value, then the derivative of the loss function with
respect to any edge weight is 0, so the net cannot learn from that sample.?* Our approach to dealing
with that is to have a learning phase where we guess the output randomly and then have the net
output the opposite of our guess. That way, if the guess is right the net learns from that sample,
and if it is wrong it stays unchanged. Each guess is right with probability 1/2 regardless of the
sample, so the probability distribution of the samples it is actually learning from is the same as the
probability distribution of the samples overall, and it only needs (2 4+ o(1)) times as many samples
as the original algorithm in order to learn the function. Once it thinks it has learned enough, such
as after learning from a designated number of samples, it can switch to attempting to compute the
function it has learned on each new input.

Example 1. We now give an illustration of how previous components would run and interact
for learning parities. One can learn an unknown parity function by collecting samples until one

24This holds for any loss function that has a minimum when the output is correct, not just the Lo loss function that
we are using. We could avoid this by having the net output +1/2 instead of +1. However, if we did that then the
change in each edge weight if the net got the right output would be —1/3 of the change in that edge weight if it got
the wrong output, which would be likely to result in an edge weight that we did not want in at least one of those
cases. There are ways to deal with that, but they do not seem clearly preferable to the current approach.
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max(m, [27243371641/2(18,/3)364]) ' = (184/35)® and m is the total number of bits required
to perform the computation from the computation component. In this illustration, we considered
only two copies of the Mg from Definition 17; one copy is highlighted in red. The magenta dashed
edges are the memory read edges and the blue dashed edges are the memory write edges. The latter

allow to change the controller vertices v., v/, that act on M, to edit the memory. Random bit inputs
are omitted in this figure.

Figure 3: The emulation net. The parameters are s = 2%/2-2433-1641/2 /;y/  where m' =

54



has a set that spans the space of possible inputs, at which point one can compute the function by
expressing any new input as a linear combination of those inputs and returning the corresponding
linear combination of their outputs. As such, if we wanted to design a neural net to learn a parity
function this way, the memory component would have n(n + 1) bits designated for remembering
samples, and logy(n + 1) bits to keep a count of the samples it had already memorized. Whenever it
received a new input x, the computation component would get the value of x from the input nodes
and the samples it had previously memorized, (x1,y1), ..., (Zr,yr), from the memory component.
Then it would check whether or not x could be expressed as a linear combination of x1,...,x,. If it
could be, then the computation component would compute the corresponding linear combination of
Y1, -y Ypr and have the net return it. Otherwise, the computation component would take a random
value that it got from one of the extra input nodes, y'. Then, it would attempt to have the memory
component add (x,y') to its list of memorized samples and have the net return NOT(y'). That way,
if the correct output was y', then the net would return the wrong value and the edge weights would
update in a way that added the sample to the net’s memory. If the correct output was NOT(y'),
then the net would return the right value, and none of the edge weights would change. As a result, it
would need about 2n samples before it succeeded at memorizing a list that spanned the space of all
possible inputs, at which point it would return the correct outputs for any subsequent inputs.

Before we can prove anything about how our net learns, we will need to establish some properties
of our activation function. Throughout this section, we will use an activation function f : R — R
such that f(z) =2 for all z > 3/2, f(x) = —2 for all z < —3/2, and f(z) = 23 for all -1 <z < 1.
There is a way to define f on [—3/2, —1] U [1,3/2] such that f is smooth and nondecreasing. The
details of how this is done will not affect any of our arguments, so we pick some assignment of
values to f on these intervals with these properties. This activation function has the important
property that its derivative is 0 everywhere outside of [-3/2,3/2]. As a result, if we use SGD to
train a neural net using this activation function, then in any given time step, the weights of the
edges leading to any vertex that had a total input that is not in [—3/2,3/2] will not change. This
allows us to create sections of the net that perform a desired computation without ever changing.
In particular, it will allow us to construct the net’s computation component in such a way that it
will perform the necessary computations without ever getting altered by SGD. More formally, we
have the following.

Lemma 8 (Backpropagation-proofed circuit emulation). Let h : {0,1}™ — {0,1}"™ be a function
that can be computed by a circuit made of AND, OR, and NOT gates with a total of b gates. Also,
consider a meural net with m input®>® vertices v}, ...,v,,, and a collection of chosen real numbers

u” <yt < us ) < ol

It is possible to add a set of at most b new vertices to the
net, including output vertices v, ...,vl,, along with edges leading to them such that for any possible
addition of edges leading from the new vertices to old vertices, if the net is trained by SGD and the

(0) (

output of v} is either yio or yil) for every i in every timestep, then the following hold:

1. None of the weights of the edges leading to the new vertices ever change, and no paths through
the new vertices contribute to the derivative of the loss function with respect to edges leading
to the vl.

2. In any given time step, if the output of v} encodes x; with yi(o) and yi(l) representing 0 and 1

respectively for each 1%, then the output of v;’ encodes hj(x1,...,xy) for each j with —2 and 2
encoding 0 and 1 respectively.

25Note that these will not be the input of the general neural net that is being built.

26Tt would be convenient if v/, ..., v}, all used the same encoding. However, the computation component will need to
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Proof. In order to do this, add one new vertex for each gate in a circuit that computes h. When
the new vertices are used to compute h, we want each vertex to output 2 if the corresponding gate
outputs a 1 and —2 if the corresponding gate outputs a 0. In order to make one new vertex compute
the NOT of another new vertex, it suffices to have an edge of weight —1 to the vertex computing
the NOT and no other edges to that vertex. We can compute an AND of two new vertices by
having a vertex with two edges of weight 1 from these vertices and an edge of weight —2 from the
constant vertex. Similarly, we can compute an OR of two new vertices by having a vertex with two
edges of weight 1 from these vertices and an edge of weight 2 from the constant vertex. For vertices
corresponding to gates that act directly on the inputs, we have the complication that their vertices
do not necessarily encode 0 and 1 as 2, but we can compensate for that by changing the weights of
the edges from these vertices, and the edges to these gates from the constant vertices appropriately.

This ensures that if the outputs of the v} encode binary values 1, ..., z,, appropriately, then
each of the new vertices will output the value corresponding to the output of the appropriate gate.
So, these vertices compute h(z1, ..., Zy) correctly. Furthermore, since the input to each of these
vertices is outside of [—3/2,3/2], the derivatives of their activation functions with respect to their
inputs are all 0. As such, none of the weights of the edges leading to them ever change, and paths
through them do not contribute to changes in the weights of edges leading to the vy. O

Note that any efficient learning algorithm will have a polynomial number of bits of memory. In
each time step, it might compute an output from its memory and sample input, and it will compute
which memory values it should change based on its memory, sample input, and sample output. All
of these computations must be performable in polynomial time, so there is a polynomial sized circuit
that performs them. Therefore, by the lemma it is possible to add a polynomial sized component to
any neural net that performs these calculations, and as long as the inputs to this component always
take on values corresponding to 0 or 1, backpropagation will never alter the weights of the edges in
this component. That leaves the issue of how the neural net can encode and update memory bits.
Our plan for this is to add in a vertex for each memory bit that has an edge with a weight encoding
the bit leading to it from a constant bit and no other edges leading to it. We will also add in paths
from these vertices to the output that are designed to allow us to control how backpropagation alters
the weights of the edges leading to the memory vertices. More precisely, we define the following.

Definition 17. For any positive real number s, let Mg be the weighted directed graph with 12
vertices, vy, V1, U2, U3, U4, Us, Uc, Uy, Uy, U, UL, and v and the following edges:

c’
1. An edge of weight 337/2s from v_y to v, for each 0 <t <6
An edge of weight 3v/3s from vo to vl

An edge of weight 33~4/%s from vi_| to v} for each 3 <t < 6

An edge of weight —s from vf to vg

AT

An edge of weight —226 . 391540 from v, to vy.

6. An edge of weight —2% - 3915%0 from v/, to v).

get inputs from the net’s input vertices and from the memory component. The input vertices encode 0 and 1 as +1,
while the memory component encodes them as +s’ for some small s’. Therefore, it is necessary to be able to handle
inputs that use different encodings.
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We refer to Figure 3 to visualize M. The idea is that this structure can be used to remember
one bit, which is encoded in the current weight of the edge from vy to v1. A weight of 9v/3s encodes
a 0 and a weight of —9/3s encodes a 1. In order to set the value of this bit, we will use v, and
vl., which will be controlled by the computation component. If we want to keep the bit the same,
then we will have them both output 2, in which case vy and v} will both output 0, with the result
that the derivative of the loss function with respect to any of the edge weights in this structure
will be 0. However, if we want to change the value of this bit, we will have one of v, and v/, output
0. That will result in a nonzero output from vy or v}, which will lead to the net’s output having
a nonzero derivative with respect to some of the edge weights in this structure. Then, if the net
gives the wrong output, the weights of some of the edges in the structure will be multiplied by —1,
including the weight of the edge from vg to v;. Unfortunately, if the net gives the right output then
the derivative of the loss function with respect to any edge weight will be 0, which means that any
attempt to change a value in memory on that timestep will fail.

More formally, we have the following.

Lemma 9 (Editing memory when the net gives the wrong output). Let 0 < s < 1/18V/3, v =
97244 . 371643/25-362 " ynd L(x) = x? for all . Also, let (f,G) be a neural net such that G contains
My as a subgraph with ve as G’s output vertex, and there are no edges from vertices outside this
subgraph to vertices in the subgraph other than vy, v., and v.. Now, assume that this neural net is
trained using SGD with learning rate v and loss function L for t time steps, and the following hold:

1. The sample output is always +1.
The net gives an output of £1 in every time step.
vo outputs 2 in every time step.

ve and v, each output O or 2 in every time step.

S

vl outputs 2 in every time step when the net outputs 1 and v. outputs 2 in every time step

when the net outputs —1.

6. The derivatives of the loss function with respect to the weights of all edges leaving this subgraph
are always 0.

Then during the training process, the weight of the edge from vy to vy is multiplied by —1 during
every time step when the net gives the wrong output and v. and v}, do not both output 2, and its
weight stays the same during all other time steps.

Proof. More precisely, we claim that the weight of the edge from v, to v4 and the weight of the edge
from v., to v} never change, and that all of the other edges in My only ever change by switching
signs. Also, we claim that at the end of any time step, either all of the edges on the path from vy to
v9 have their original weights, or all of them have weights equal to the negatives of their original
weights. Furthermore, we claim that the same holds for the edges on each path from vy to vg.

In order to prove this, we induct on the number of time steps. It obviously holds after 0 time
steps. Now, assume that it holds after # — 1 time steps, and consider time step t’. If the net gave
the correct output, then the derivative of the loss function with respect to the output is 0, so none
of the weights change.

Now, consider the case where the net outputs 1 and the correct output is —1. By assumption, v.,
outputs 2 in this time step, so v} gets an input of 227 - 391540 from vy and an input of —227 . 391440
from v/. So, both its output and the derivative of its output with respect to its input are 0. That
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means that the same holds for vs, which means that none of the edge weights on this path from
v2 to vg change this time step, and nothing backpropagates through this path. If v, also outputs
2, then v4 and vs output 0 for the same reason, and none of the edge weights in this copy of M
change. On the other hand, if v, outputs 0, then the output vertex gets an input of 2243 . 31641/24364
from vs. The derivative of this input with respect to the weight of the edge from v;_1 to v; is
2243 . 31641/2,4364 . [36-i /(33-1/24)] if these weights are positive, and the negative of that if they are
negative. Furthermore, the derivative of the loss function with respect to the input to the output
vertex is 12. So, the algorithm reduces the weights of all the edges on the path from vy to vg that
goes through vy exactly enough to change them to the negatives of their former values. Also, since
ve output 0, the weight of the edge from v, to v4 had no effect on anything this time step, so it
stays unchanged.

The case where the net outputs —1 and the correct output is 1 is analogous, with the modification
that the output vertex gets an input of —2243. 31641/24364 from vy if v/, outputs 0 and the edges on
the path from vy to vg that goes through v are the ones that change signs. So, by induction, the
claimed properties hold at the end of every time step. Furthermore, this argument shows that the
sign of the edge from vy to v; changes in exactly the time steps where the net outputs the wrong
value and v, and v/, do not both output 2. O

So, M, satisifes some but not all of the properties we would like a memory component to
have. We can read the bit it is storing, and we can control which time steps it might change in
by controlling the inputs to v, and v),. However, for it to work we need the output of the overall
net to be £1 in every time step, and each such memory component will input £2243 . 31641/24364 ¢
the output vertex every time we try to flip it. More problematically, the values these components
are storing can only change when the net gets the output wrong. We can deal with the first issue
by choosing parameters such that 2243 . 31641/24364 i5 the inverse of an integer that is at least as
large as the number of bits that we want to remember, and then adding some extraneous memory
components that we can flip in order to ensure that exactly 1/ 9243 . 31641/2 ;364 memory components
get flipped in each time step. We cannot change the fact that the net will not learn from samples
where it got the output right, but we can use this to emulate any efficient learning algorithm that
only updates when it gets something wrong. More formally, we have the following.

Lemma 10. For each n, let my be polynomial in n, and h, : {0,1}"*™ — 10,1} and g, :
{0,1}7t ™M — {0,1}™ be functions that can be computed in polynomial time. Then there exists
a neural net (G, f) of polynomial size and v > 0 such that the following holds. Let T' > 0 and
(z¢,ye) € {0,1} - {0,1} for each 0 < t < T. Then, let by = (0,...,0), and for each 0 < t < T,
let yf = hy(x,bi—1) and let by equal by—y if yf = yi and gn(xy,bi—1) otherwise. Then if we use
stochastic gradient descent to train (G, f) on the samples (2z; — 1,2y, — 1) with a learning rate of
v, the net outputs 1 in every time step where yf =1 and —1 in every time step where y; = 0.

Proof. First, let m/ = max(m, [27243371641/2(18/3)364]), and s = °%/2-2433-1641/2 /ppy/ Then, set
~ = 9244 3-1643/2 —362

We construct G, as follows. First, we take m + m’ copies of My, merge all of the copies of
vg to make an output vertex, and merge all of the copies of vg. Then we add in n input vertices
and a constant vertex and add an edge of weight 2 from the constant vertex to vg. Next, define
r: {0, 1} 5 {0,132 42m" guch that given 2 € {0,1}" and b € {0,1}™, r(z,b) lists hy,(x,b)
and one half the values of the v, and v/, necessary to change the values stored by the first m memory
units in the net from b to g,(z,b) and then flip the next m’ — |{i : b; # (gn(z,b));}| provided the
net outputs 2h,(z,b) — 1. Then, add a section to the net that computes r on the input bits and
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the bits stored in the first m memory units, and connect each copy of v. or v/, to the appropriate
output by an edge of weight 1/2 and the constant bit by an edge of weight 1.

In order to show that this works, first observe that since h,, and ¢, can be computed efficiently,
so can r. So, there exists a polynomial sized subnet that computes it correctly by lemma 8. That
lemma also shows that this section of the net will never change as long as all of the inputs and
all of the memory bits encode 0 or 1 in every time step. Similarly, in every time step vy will have
an input of 2 and all of the copies of v. and v, will have inputs of 0 or 2. So, the derivatives of
their outputs with respect to their inputs will be 0, which means that the weights of the edges
leading to them will never change. That means that the only edges that could change in weight
are those in the memory components. In each time step, m’ memory components each contribute
(2hy (x4, bi—1) — 1)/m/ to the output vertex, so it takes on a value of (2hy,(x¢,bi—1) — 1), assuming
that the memory components were storing b;_1 like they were supposed to. As such, the net outputs
y7, the memory bits stay the same if y} = vy, and the first m memory bits get changed to gn (¢, bi—1)
otherwise with some irrelevant changes to the rest. Therefore, by induction on the time step, this
net performs correctly on all time steps. O

Remark 14. With the construction in this proof, m' will always be at least 107, which ensures that

this net will be impractically large. This is a result of the fact that the only edges going to the output
vertex are those contained in the memory component, and the paths in the memory component take
a small activation and repeatedly cube it. If we had chosen an activation function that raises its
put to the % when its absolute value was less than 1 instead of cubing it, the minimum possible
value of m' would have been on the order of 1000.

In other words, we can train a neural net with SGD in order to duplicate any efficient algorithm
that takes n bits as input, gives 1 bit as output, and only updates its memory when its output
fails to match some designated “correct” output. The only part of that that is a problem is the
restriction that it can not update its memory in steps when it gets the output right. As a result,
the probability distribution of the samples that the net actually learns from could be different from
the true probability distribution of the samples. We do not know how an algorithm that we are
emulating will behave if we draw its samples from a different probability distribution, so this could
cause problems. Our solution to that will be to have a training phase where the net gives random
outputs so that it will learn from each sample with probability 1/2; and then switch to attempting
to compute the actual correct output rather than learning. That allows us to prove the following
(re-statement of Theorem 1).

Theorem 17. For each n > 0, let Py be a probability measure on {0,1}", and Pr be a probability
measure on the set of functions from {0,1}" to {0,1}. Also, let By, be the uniform distribution
on {0,1}. Next, define o, such that there is some algorithm that takes a polynomial number of
samples (x;, F'(x;)) where the z; are independently drawn from Py and F ~ Pr, runs in polynomial
time, and learns (Pr, Py) with accuracy a. Then there exists v, > 0, a polynomial-sized neural
net (Gp, f), and a polynomial T,, such that using stochastic gradient descent with learning rate 7y
and loss function L(z) = 22 to train (G, f) on Ty, samples ((2x; — 1,2r; — 1,2r) — 1), F(z;)) where
(@i, r3,7}) ~ Py X Bf/Q learns (Pr, Py) with accuracy o — o(1).

Proof. We can assume that the algorithm counts the samples it has received, learns from the
designated number, and then stops learning if it receives additional samples. The fact that the
algorithm learns in polynomial time also means that it can only update a polynomial number of
locations in memory, so it only needs a polynomial number of bits of memory, m,,. Also, its learning
process can be divided into steps which each query at most one new sample (z;, F'(z;)) and one new
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random bit. So, there must be an efficiently computable function A such that if b is the value of the
algorithm’s memory at the start of a step, and it receives (x;,y;) as its sample (if any) and r; as its
random bit (if any), then it ends the step with its memory set to A(b, z;, i, 7i).

Now, define A’ : {0,1}™n+7+3 5 [0, 1}™» such that

b ify=1r/

Al(byx,y,r,r') = _
A(b,l’,yﬂ") lfy 7& r’

Next, let by be the initial state of the algorithm’s memory, and consider setting b; = A’ (bj—1, z;, F(xz;), r;, 7))
for each i > 0. We know that r/ is equally likely to be 0 or 1 and independent of all other components,
so b; is equal to A(bj—1,x;, F'(x;),r;) with probability 1/2 and b;—; otherwise. Furthermore, the
probability distribution of (bj_1,z;, F(x;),r;) is independent of whether or not y; = r}. Also, if
we set b’ = by and then repeatedly replace b with A(V,z, F(x),r), then there is some polynomial
number of times we need to do that before b’ stops changing because the algorithm has enough
samples and is no longer learning. So, with probability 1 — o(1), the value of b; will stabilize by the
time it has received n times that many samples. Furthermore, the probability distribution of the
value b; stabilizes at is exactly the same as the probability distribution of the value the algorithm’s
memory stabilizes at because the probability distribution of tuples (b;—1,x;, F'(x;)) that actually
result in changes to b; is exactly the same as the overall probability distribution of (b;—1, z;, F'(x;)).
So, given the final value of b;, one can efficiently compute F' with an expected accuracy of at least a.

Now, let A(b, z) be the value the algorithm outputs when trying to compute F(z) if its memory
has a value of b after training. Then, define A” such that

A(b,z) if b corresponds to a memory state resulting from training on enough samples

A"(byx,rr") = { .

r otherwise

By the previous lemma, there exists a polynomial sized neural net (G, f) and 7, > 0 such that if
we use SGD to train (G, f) on ((2z; — 1,2r; — 1,2r, — 1), F(x;)) with a learning rate of v, then
the net outputs 24" (b;—1, z;,r;,r;) — 1 for all i. By the previous analysis, that means that after a
polynomial number of steps, the net will compute F' with an expected accuracy of o — o(1). O

Remark 15. This net uses two random bits because it needs one in order to randomly choose
outputs during the learning phase and another to supply randomness in order to emulate randomized
algorithms. If we let m be the minimum number of gates in a circuit that computes the algorithm’s
output and the contents of its memory after the current timestep from its input, its current memory
values, and feedback on what the correct output was, then the neural net in question will have 6(m)
vertices and ~y, = 9(m362/364). If the algorithm that we are emulating is deterministic, then T, will
be approximately twice the number of samples the algorithm needs to learn the function; if it is
randomized it might need a number of additional samples equal to approximately twice the number
of random bits the algorithm needs.

So, for any distribution of functions from {0,1}" to {0,1} that can be learned in polynomial
time, there is a neural net that learns it in polynomial time when it is trained by SGD.

Remark 16. This theorem shows that each efficiently learnable (Pr, Py) has some neural net that

learns it efficiently. However, instead of emulating an algorithm chosen for a specific distribution,

we can use a “Kolmogorov complexity” trick and emulate a metaalgorithm such as the following:
GeneralLearningMetaalgorithm(c):

1. List every algorithm that can be written in at most log(log(n)) bits.
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2. Get n® samples from the target distribution, and train each of these algorithms on them in
parallel. If any of these algorithms takes more than n® time steps on any sample, then interrupt
it and skip training it on that sample.

3. Get n® more samples, have all of the aforementioned algorithms attempt to compute the
function on each of them, and record which of them was most accurate. Again, if any of
them take more than n¢ steps on one of these samples, interrupt it and consider it as having
computed the function incorrectly on that sample.

4. Return the function that resulted from training the most accurate algorithm.

Given any (Pr, Py) that is efficiently learnable, there exist e,c > 0 such that there is some
algorithm that learns (Pr, Py) with accuracy 1/2 4+ € — o(1), needs at most n® samples in order
to do so, and takes a mazximum of n® time steps on each sample. For all sufficiently large n, this
algorithm will be less than log(log(n)) bits long, so generalLearningMetaalgorithm(c) will consider
it. There are only O(log(n)) algorithms that are at most log(log(n)) bits long, so in the testing
phase all of them will have observed accuracies within O(n=%?1log(n)) of their actual accuracies
with high probability. That means that the function that generalLearningMetaalgorithm(c) judges as
most accurate will be at most O(n~=%%log(n)) less accurate than the true most accurate function
considered. So, generalLearningMetaalgorithm(c) learns (Pr, Py) with accuracy 1/2+ e —o(1). A
bit more precisely, this shows that for any efficiently learnable (Pr, Px), there exists Cy such that
for all ¢ > Cy, generalLearningMetaalgorithm(c) learns (Pr, Px).

Now, if we let (f,G.) be a neural net emulating generalLearningMetaalgorithm(c), then (f,G.)
has polynomial size and can be constructed in polynomial time for any fized c. Any efficiently
learnable (Pr, Py) can be learned by training (f,G.) with stochastic gradient descent with the right
c and the right learning rate, assuming that random bits are appended to the input. Furthermore,
the only thing we need to know about (Pr, Py) in order to choose the net and learning rate is some
upper bound on the number of samples and amount of time needed to learn it.

Remark 17. The previous remark shows that for any ¢ > 0, there is a polynomial sized neural
net that learns any (Pr, Px) that can be learned by an algorithm that uses n® samples and n® time
per sample. However, that is still more restrictive than we really need to be. It is actually possible
to build a net that learns any (Pr, Py) that can be efficiently learned using n® memory, and then
computed in n¢ time once the learning process is done. In order to show this, first observe that any
learning algorithm that spends more than n® time on each sample can be rewritten to simply get a
new sample and ignore it after every n® steps. That converts it to an algorithm that spends n€ time
after receiving each sample while multiplying the number of samples it needs by an amount that is at
most polynomial in n.

The fact that we do not know how many samples the algorithm needs can be dealt with by
modifying the metaalgorithm to find the algorithm that performs best when trained on 1 sample,
then the algorithm that performs best when trained on 2, then the algorithm that performs best when
trained on 4, and so on. That way, after receiving any number of samples, it will have learned
to compute the function with an accuracy that is within o(1) of the best accuracy attainable after
learning from 1/4 that number of samples. The fact that we do not know how many samples we
need also renders us unable to have a learning phase, and then switch to attempting to compute the
function accurately after we have seen enough samples. Instead, we need to have it try to learn from
each sample with a gradually decreasing probability and try to compute the function otherwise. For
istance, consider designing the net so that it keeps a count of exactly how many times it has been
wrong. Whenever that number reaches a perfect square, it attempts to learn from the next sample;
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otherwise, it tries to compute the function on that input. If it takes the metaalgorithm n® samples
to learn the function with accuracy 1 — €, then it will take this net roughly n2e samples to learn it
with the same accuracy, and by that point the steps where it attempts to learn the function rather
than computing it will only add another o(1) to the error rate. So, if there is any efficient algorithm
that learns (Pr, Py) with n® memory and computes it in n¢ time once it has learned it, then this
net will learn it efficiently.

6.2 Noisy emulation of arbitrary algorithms

So far, our discussion of emulating arbitrary learning algorithms using SGD has assumed that we
are using SGD without noise. It is of particular interest to ask whether there are efficiently learnable
functions that noisy SGD can never learn with inverse-polynomial noise, as GD or SQ algorithms
break in such cases (for example for parities). It turns out that the emulation argument can be
adapted to sufficiently small amounts of noise. The computation component is already fairly noise
tolerant because the inputs to all of its vertices will normally always have absolute values of at least
2. If these are changed by less than 1/2, these vertices will still have activations of £2 with the same
signs as before, and the derivatives of their activations with respect to their inputs will remain 0.

However, the memory component has more problems handling noise. In the noise-free case,
whenever we do not want the value it stores to change, we arrange for some key vertices inside the
component to receive input 0 so that their outputs and the derivatives of their outputs with respect
to their inputs will both be 0. However, once we start adding noise we will no longer be able to
ensure that the inputs to these vertices are exactly 0. This could result in a feedback loop where the
edge weights shift faster and faster as they get further from their desired values. In order to avoid
this, we will use an activation function designed to have output 0 whenever its input is sufficiently
close to 0. More precisely, in this section we will use an activation function f*: R — R chosen so that
f*(x) = 0 whenever |z| < 27121379 f*(2) = 23 whenever 27129379 < |z| < 1, and f*(z) = 2 sign(z)
whenever |z| > 3/2. There must be a way to define f* on the remaining intervals such that it is
smooth and nondecreasing. The details of how this is done will not affect out argument, so we pick
some such assignment.

The memory component also has trouble handling bit flips when there is noise. Any time we flip
a bit stored in memory, any errors in the edge weights of the copy of M storing that bit are likely
to get worse. As a result, making the memory component noise tolerant requires a fairly substantial
redesign. First of all, in order to prevent perturbations in its edge weights from being amplified
until they become major problems, we will only update each value stored in memory once. That
still leaves the issue that due to errors in the edge weights, we cannot ensure that the output of
the net is exactly £1. As a result, even if the net gets the output right, the edge weights will still
change somewhat. That introduces the possibility that multiple unsuccessful attempts at flipping a
bit in memory will eventually cause major distortions to the corresponding edge weights. In order
to address that, we will have our net always give an output of 1/2 during the learning phase so that
whenever we try to change a value in memory, it will change significantly regardless of what the
correct output is. Of course, that leaves each memory component with 3 possible states, the state it
is in originally, the state it changes to if the correct output is 1, and the state it changes to if the
correct output is —1. More precisely, each memory value will be stored in a copy of the following.

/
cr

Definition 18. Let M’ be the weighted directed graph with 9 vertices, vg, v1, V2, V3, V4, Vs, Ve, U
and v, and the following edges:

1. An edge of weight 3_t/2/4 from vy to vy for each t

2. An edge of weight 128 from vy to v,
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M/

() V1 V2 U3 Vg Us
° 1/4 V3/2 ¢ 1/12 .\/5/36 1/36
128 —9781379/ [ _9—413=9
v, Ve U,

Figure 4: The noise-tolerant memory component M’.

3. An edge of weight —2781 - 379 from v, to vy
4. An edge of weight —2741 - 379 from v’ to vy

See Figure 4 for a representation of M’. The idea is that by controlling the values of v. and v/,
we can either force v4 to have an input of approximately 0 in order to prevent any of the weights
from changing or allow it to have a significant value in which case the weights will change. With
the correct learning rate, if the correct output is 1 then the weights of the edges on the path from
vg to v will double, while if the correct output is —1 then these weights will multiply by —2. That
means that vy will have an output of approximately 2724373/ if this has never been changed, and
an output of approximately 2712373/2 if it has. Meanwhile, v, will have an output of —2 if it was
changed when the correct output was —1 and a value of 2 otherwise. More formally, we have the
following.

Lemma 11 (Editing memory using noisy SGD). Let v = 2716/3.324 and L(x) = 22 for all z. Neat,
let to,T € Zt and 0 < €, € such that e < 27134371 ¢ < 271233=1 " Also, let (f*,G) be a neural
net such that G contains M' as a subgraph with vs as G’s output vertez, vy as the constant vertex,
and no edges from vertices outside this subgraph to vertices in the subgraph other than v, and v..
Now, assume that this neural net is trained using noisy SGD with learning rate v and loss function
L for T — 1 time steps, and then evaluated on an input, and the following hold:

1. The sample label is always +1.

2. The net gives an output that is in [1/2 — €',1/2 + €'] on step t for every t < T.
For every t < tg, ve gives an output of 2 and v, gives an output of 0 on step t.
If tg < T then v, and v, both give outputs of 0 on step ty.

For every t > tg, vl gives an output of 2 and v. gives an output of 0 on step t.

SRR S S

For each edge in the graph, the sum of the absolute values of the noise terms applied to that
edge over the course of the training process is at most €.

7. The derivatives of the loss function with respect to the weights of all edges leaving this subgraph
are always 0.
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Then during the training process, vy gives an output in [2_253_3/2,2_233_3/2] on step t for all
t < to and an output in [2713373/2 2=1373/2] on step t for all t > to. Also, on step t, v,
gives an output of —2 if t > tg and the sample label was —1 on step tog and an output of 2
otherwise. Thirdly, on step tg the edge from vs to vs provides an input to the output vertexr in
[272423729 _ 9=2013-27¢ 9=2423-29 4 9=2013-27¢] and for all t # tg, the edge from vy to vs provides
an input of 0 to the output vertex on step t.

Proof. First of all, we define the target weight of an edge to be what we would like its weight to
be. More precisely, the target weights of (v, vy), (v.,v4), and (v1,v,) are defined to be equal to
their initial weights at all time steps. The target weights of the edges on the path from vy to vs
are defined to be equal to their initial weights until step tg. After step tg, these edges have target
weights that are equal to double their initial weights if the sample label at step to was 1 and —2
times their initial weights if the sample label at step tg was —1.

Next, we define the primary distortion of a given edge at a given time to be the sum of all noise
terms added to its weight by noisy SGD up to that point. Then, we define the secondary distortion
of an edge to be the difference between its weight, and the sum of its target weight and its primary
distortion. By our assumptions, the primary distortion of any edge always has an absolute value
of at most €. We plan to prove that the secondary distortion stays reasonably small by inducting
on the time step, at which point we will have established that the actual weights of the edges stay
reasonably close to their target weights.

Now, for all vertices v and v’, and every time step ¢, let Wy De the weight of the edge from
v to v/ at the start of step t, Yo[s] be the output of v on step ¢, d,; be the derivative of the loss
function with respect to the output of v on step t, and d; ] be the derivative of the loss function
with respect to the input of v on step t. Next, consider some ¢ < ty and assume that the secondary
distortion of every edge in M’ is 0 at the start of step ¢t. In this case, v; has an activation in
[(1/4 — €)3,(1/4 + €)?], so v, has an activation of 2 and the derivative of the loss function with
respect to wy, ,,) is 0. Also, the activation of vg is between 27253-3/2 and 2723373/2, On another
note, the total input to v4 on step t is

27 9 3
Wig,00)[1] W (w1,02)[1] W(wz,08) [(] Wws,wa)[t] T Wve,va)t)¥velt] T W(or,0a) 1 Yosft]

<(Eie : §+e 9 g 3 £+e +(—27%37%4¢) -2
(4 ) 12 <12 > 36

< 2—803—96(1444-48\/3)6 _9=803-9 4 o,

< 3e

On the flip side, the total input to v4 on step ¢ is at least

(0" (5 ) (o) (8o om0

> 9—803-9,—2(144+48V8)e _ 9—803-9 _ o,

AVAN!

—3€

So, ‘?Jv4[t]| = 0, and the edge from vy to vs provides an input of 0 to the output vertex on
step t. The derivative of this contribution with respect to the weights of any of the edges in M’
is also 0. So, if all of the secondary distortions are 0 at the beginning of step ¢, then all of the
secondary distortions will still be 0 at the end of step t. The secondary distortions start at 0, so
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by induction on ¢, the secondary distortions are all 0 at the end of step t for every ¢ < min(to, 7).
This also implies that the edge from vy to vs provides an input of 0 to the output, y,, ;j = 2, and
Vyyt] € [2725373/2,2723373/2] for every t < t.

Now, consider the case where ¢t =ty < T'. In this case, v, has an activation of 2 and the derivative
of the loss function with respect to wy,, ,,) is 0 for the same reasons as in the last case. Also, the
activation of vy is still between 2-2563-3/2 gpd 2-233-3/2,

On this step, the total input to vy is

27 9 3
Wiy, 01) [ W (w1,09) [1] W(wz,08) [] W(ws,0a)[t] T W(we,va)1]Yvelt] T W(os0a) [ Yol 2]

9

1 V3 1 (V3
<[ Z i _ A
_(4+e> (12+6> <12+6> 36+6 +0
< 27803796(144+48\/§)e

< 9780379 4 9~ 7437

On the flip side, the total input to vy is at least

9 -
1 o V3 1N (VB +0
17 (2" (27 |36 °
> 2_803_96—2(144+48\/§)e

> 2—803—9 . 2_743_76

S0, Yy € [(2780379 —277377€)3, (2780379 4 277437 7¢)?], and the edge from vy to vs provides
an input in [272423729 _ 272353-26¢ 9-2423-29 4 9-2353-26¢] {0 the output vertex on step to. If
to < T then the net gives an output in [1/2 —€',1/2 + €], s0 d, g is in [~1 — 2¢/, =1 + 2¢€] if the
sample label is 1 and in [3 — 2€¢/, 3 + 2¢€/] if the sample label is —1. That in turn means that d’ [

V5 t]
is in [3Y2(—1 — 4¢'), 3Y2(—1 + 4¢')] if the sample label is 1 and in [3Y2(3 — 8¢/), 3Y2(3 + 8¢')] if
the sample label is —1. Either way, the derivatives of the loss function with respect to wy,,,,) and
W(y ) are both 0.

Also, for each 0 <7 < 5, the derivative of the loss function with respect to w,, 4, ,) s
81 27 9 3 3+ /
Wlwown) [ (w1,02) [ (w2,00) [ (w3, 0a) [ (wavs) * g
(viyvit1)

which is between 272103729 (1 — 7200¢) - 3'¥/ - d ) and 272103727 - (1 4-7200¢) - 372 - d

So, if the sample label is 1, then on this step gradient descent increases the weight of each edge
on the path from vy to vs by an amount that is within 3600 + 2¢” of its original value. If the sample
label is —1, then on this step gradient descent decreases the weight of each edge on this path by an
amount that is within 10800¢ + 6¢’ of thrice its original value. Either way, it leaves the weight of
the edge from v; to v, unchanged. So, all of the secondary distortions will be at most 10800¢ + 6¢’
at the end of step tg if top < T

Finally, consider the case where ¢ > tp and assume that the secondary distortion of every edge in
M’ is at most 10800¢ + 6¢" at the start of step ¢. Also, let € = 10801¢ + 6¢/, and yo be the sample
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label from step to. In this case, v; has an activation between (1/2 — ¢”)3yq and (1/2 + €”)3yo, so v,
has an activation of 2yp and the derivative of the loss function with respect to w(,, ,,) is 0. Also,
the activation of vy is between 2713373/2 and 2-11373/2. On another note, the total input to v4 on
step t is

27 9 3
Wig,01) )W (w1,02) (1] W wa,0s)[t] W (ws,04)[t] T W(ve,0a)[t]Yvelt] T W(vs,va) [t YoLlt]

9
27 (/3 3 (/3
< (2420 6//yo) <\/;7J0 6//y()) (yé) 6”1/0) <\/1>8y0 6”3/0) (_2—413—9 6//) .92

< 2—403—96(72+24\/§)e” _9=403-9 4 o/

S 36”

On the flip side, the total input to v4 on step t is at least

9
0 27 [ V/3yo 0 3 [ V3yo 41—
(yi _ 6//y()) ( Y _ 6//yo (yi _ 6/,y0> Y _ e”yo + (_2 413 9 _ 6”) .9

2 6 6 18

> 2—403—96—2(72+24\/§)e” _9—403-9 o1

> 3¢

S0, Yy, = 0, and the edge from vy to vs provides an input of 0 to the output vertex on step
t. The derivatives of this contribution with respect to the weights of any of the edges in M’ are
also 0. So, if all of the secondary distortions are at most 10800¢ + 6€¢’ at the beginning of step t,
then all of the secondary distortions will still be at most 10800¢ + 6¢” at the end of step . We have
already established that the secondary distortions will be in that range at the end of step tg, so by
induction on ¢, the secondary distortions are all at most 10800¢ + 6¢’ at the end of step ¢ for every
to < t < T'. This also implies that the edge from v4 to vs provides an input of 0 to the output,
Yo [] = 290 and vy, € [27183-3/2 2-113-3/2] for every t > t.
O

Now that we have established that we can use M’ to store information in a noise tolerant manner,
our next order of business is to show that we can make the computation component noise-tolerant.
This is relatively simple because all of its vertices always have inputs of absolute value at least 2, so
changing these inputs by less than 1/2 has no effect. We have the following.

Lemma 12 (Backpropagation-proofed noise-tolerant circuit emulation). Let h : {0,1}™ — {0, 1}
be a function that can be computed by a circuit made of AND, OR, and NOT gates with a total
of b gates. Also, consider a neural net with m input’” vertices VY, ey by, and choose real numbers
YO <y It is possible to add a set of at most b new vertices to the net, including output vertices
vf, ..., v, along with edges leading to them such that for any possible addition of edges leading from
the new vertices to old vertices, if the net is trained by noisy SGD, the output of v} is either less
than y© or more than yV) for every i in every timestep, and for every edge leading to one of the
new vertices, the sum of the absolute values of the noise terms applied to that edge over the course

of the training process is less than 1/12, then the following hold:

1. The derivative of the loss function with respect to the weight of each edge leading to a new
vertex is 0 in every timestep, and no paths through the new vertices contribute to the derivative
of the loss function with respect to edges leading to the v}.

2"Note that these will not be the n data input of the general neural net that is being built; these input vertices take
both the data inputs and some inputs from the memory component.
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2. In any given time step, if the output of v, encodes x; with values less than y© and values
greater than yY) representing 0 and 1 respectively for each i%5, then the output of U;-/ encodes
hj(x1,...,xm) for each j with —2 and 2 encoding 0 and 1 respectively.

Proof. In order to do this, we will add one new vertex for each gate and each input in a circuit that
computes h. When the new vertices are used to compute h, we want each vertex to output 2 if the
corresponding gate or input outputs a 1 and —2 if the corresponding gate or input outputs a 0. In
order to do that, we need the vertex to receive an input of at least 3/2 if the corresponding gate
outputs a 1 and an input of at most —3/2 if the corresponding gate outputs a 0. No vertex can
ever give an output with an absolute value greater than 2, and by assumption none of the edges
leading to the new vertices will have their weights changed by 1/12 or more by the noise. As such,
any noise terms added to the weights of edges leading to a new vertex will alter its input by at most
1/6 of its in-degree. So, as long as its input without these noise terms has the desired sign and an
absolute value of at least 3/2 plus 1/6 of its in-degree, it will give the desired output.

In order to make one new vertex compute the NOT of another new vertex, it suffices to have an
edge of weight —1 to the vertex computing the NOT and no other edges to that vertex. We can
compute an AND of two new vertices by having a vertex with two edges of weight 1 from these
vertices and an edge of weight —2 from the constant vertex. Similarly, we can compute an OR of
two new vertices by having a vertex with two edges of weight 1 from these vertices and an edge of
weight 2 from the constant vertex. For each ¢, in order to make a new vertex corresponding to the
ith input, we add a vertex and give it an edge of weight 4/(y(") — y(©)) from the associated v} and
an edge of weight —(2y™) + 2y /(5 — 4() from the constant vertex. These provide an overall
input of at least 2 to the new vertex if v; has an output greater than y(l) and an input of at most
—2 if v} has an output less than y).

This ensures that if the outputs of the v, encode binary values 1, ..., z,, appropriately, then
each of the new vertices will output the value corresponding to the output of the appropriate gate
or input. So, these vertices compute h(z1, ..., 2, ) correctly. Furthermore, since the input to each of
these vertices is outside of (—3/2,3/2), the derivatives of their activation functions with respect to
their inputs are all 0. As such, the derivative of the loss function with respect to any of the edges
leading to them is always 0, and paths through them do not contribute to changes in the weights of
edges leading to the v]. O

Now that we know that we can make the memory component and computation component
work, it is time to put the pieces together. We plan to have the net simply memorize each sample
it receives until it has enough information to compute the function. More precisely, if there is an
algorithm that needs T" samples to learn functions from a given distribution, our net will have 2nT
copies of M’ corresponding to every combination of a timestep 1 < ¢ < T, an input bit, and a value
for said bit. Then, in step ¢ it will set the copies of M’ corresponding to the inputs it received in
that time step. That will allow the computation component to determine what the current time
step is, and what the inputs and labels were in all previous times steps by checking the values of
the copies of vy and v,.. That will allow it to either determine which copies of M’ to set next, or
attempt to compute the function on the current input and return it. This design works in the
following sense.

Lemma 13. For each n > 0, let t, be a positive integer such that t, = w(1) and t, = O(n®)
for some constant c. Also, let hy, : {0,1}( D+ 5 £0.1} be a function that can be computed

28This time we can use the same values of ym) and y<1> for all v} because we just need them to be between whatever
the vertex encodes 0 as and whatever it encodes 1 as for all vertices.
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in time polynomial in n. Then there exists a polynomial sized neural net (G, f) such that the
following holds. Let v = 2716/3.324 5 ¢ [—1/n?t,,, 1/nt,|tn1EG | 20) € {01} for all 0 < i < t,,
and y® e {0,1} for all 0 < i < t,,. Then if we use perturbed stochastic gradient descent with
noise 8, loss function L(x) = 22, and learning rate v to train (Gp, f) on (22 — 1,2y — 1)
for 0 < i < t, and then run the resulting net on 2x;, — 1, we will get an output within 1/2 of
2h (x(o),y(o),:n(l), yW, ...,x(t")) — 1 with probability 1 — o(1).

Proof. We construct G, as follows. We start with a graph consisting of n input vertices. Then, we
take 2nt, copies of M’, merge all of the copies of vy to make a constant vertex, and merge all of
the copies of vs to make an output vertex. We assign each of these copies a distinct label of the
form Mj, , ., where 0 <t' <t,,0<i<n,and z € {0,1}. We also add edges of weight 1 from the
constant vertex to all of the control vertices. Next, for each 0 < t' < t,, we add an output control
vertex vo[y]. For each such ', we add an edge of weight 1 from the constant vertex to Voet] and an
edge of weight V/4/4 — 27243329, from Vocr] to the output vertex. Then, we add a final output
control vertex v,)]. We do not add an edge from the constant vertex to v,[s,], and the edge from
Voc[t,] tO the output vertex has weight 49 /100.

Finally, we use the construction from the previous lemma to build a computation component.
This component will get input from all of the input vertices and every copy of v, and vy in any of
the copies of T”, interpreting anything less than 2721373/2 as a 0 and anything more than 2-15373/2
as a 1. This should allow it to read the input bits, and determine which of the copies of M’ have
been set and what the sample outputs were when they were set. For each control vertex from a
copy of T" and each of the first n output control vertices, the computation component will contain
a vertex with an edge of weight 1/2 leading to that vertex. It will contain two vertices with edges of
weight 1/2 leading to v,c|,)- This should allow it to set each control vertex or output control vertex
to 0 or 2, and to set vy, to —2, 0, or 2.

The computation component will be designed so that in each time step it will do the following,
assuming that its edge weights have not changed too much and the outputs of the copies of v, and
v are in the ranges given by lemma 11. First, it will determine the smallest 0 < ¢ < ¢, such that
M(’t,’i’z) has not been set for any ¢ > ¢, 0 < i < n, and z € {0,1}. That should equal the current
timestep. If ¢ < t,,, then it will do the following. For each 0 < i < n, it will use the control vertices
to set M, (’ L e +11/2) where 2/, is the value it read from the ith input vertex. It will keep the rest of
the copies of M’ the same. It will also attempt to make Uge[] Output 2 and the other output control
vertices output 0. If t = ¢,, then for each 0 < ¢ < t and 1 < i < n, the computation component
will set m:(t,) to 1 if M(’t,’i’l) has been set, and 0 otherwise. It will set y*(t/) to 1 if either M(/t’,l,O)
M (/t’,l,l) has been set in a timestep when the sample label was 1 and 0 otherwise. It will also let

or

2*(tn) be the values of z(*») inferred from the input. Then it will attempt to make Voc[t,] Output
4h(xz*© y*0) 2*(tn)) — 2 and the other output control vertices output 0. It will not set any of
the copies of M’ in this case.

In order to prove that this works, we start by setting e = min(27343711 277315 /n) and ¢ =
271233=11 The absolute value of the noise term applied to every edge in every time step is at most
1/n?t,, so the sums of the absolute values of the noise terms applied to every edge over the course
of the algorithm are at most € if n > 26735, For the rest of the proof, assume that this holds.

Now, we claim that for every 0 < ¢’ < t,, all of the following hold:

1. Every copy of v,- or v in the memory component outputs a value that is not in [2_213_3/ 2 9—153-3/ 2]
on timestep t'.

2. For every copy of M’, there exists to such that its copies of v. and v.. take on values satisfying
lemma 11 for timesteps 0 through ¢'.
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3. The net gives an output in [1/2 — €’,1/2 + €] on timestep ¢'.

4. The weight of every edge leading to an output control vertex ends step ¢’ with a weight that
is within € of its original weight.

5. For every t” > t', the weight of the edge from v, to the output vertex has a weight within
€ of its original weight at the end of step t'.

In order to prove this, we use strong induction on t’. So, let 0 < ' < t,,, and assume that this
holds for all ¢ < #'. By assumption, the conditions of lemma 11 were satisfied for every copy of M’
in the first ¢’ timesteps. So, the outputs of the copies of v, and vy encode information about their
copies of M’ in the manner given by this lemma. In particular, that means that their outputs are
not in [2721373/2 2-153-3/2] on timestep ¢. By the previous lemma, the fact that this holds for
timesteps 0 through ¢’ means that the computation component will still be working properly on
step t/, it will be able to interpret the inputs it receives correctly, and its output vertices will take
on the desired values. The assumptions also imply that every copy of v. or v/, took on values of 0
or 2 in step t” for every t” < ¢’. That means that the derivatives of the loss function with respect
to the weights of the edges leading to these vertices was always 0, so their weights at the start of
step t’ were within € of their initial weights. That means that the inputs to these copies will be in
[—4e¢, 4e] for ones that are supposed to output 1 and in [2 — 4e, 2 + 4e] for ones that are supposed to
output 2. Between this and the fact that the computation component is working correctly, we have
that for each (t”,14,z), the copies of v, and v/ in M (’ i2) will have taken on values satisfying the

conditions of lemma 11 in timesteps 0 through ¢’ with ¢ set to ¢’ if xgt") = z and ¢, + 1 otherwise.

Similarly, the fact that the weights of the edges leading to the output control vertices stay within
¢ of their original values for the first ¢ — 1 steps implies that Uge[tr) Outputs 2 and all other output
control vertices output 0 on step t” for all ¢/ < /. That in turn implies that the derivatives of
the loss function with respect to these weights were 0 for the first ¢’ + 1 steps, and thus that their
weights are still within e of their original values at the end of step t’. Now, observe that there are
exactly n copies of M’ that get set in step ¢/, and each of them provide an input to the output
vertex in [272423729 _ 272013-27¢ 9-2423-29 4 9-2013-27¢)  Also, VUoe[] Provides an input to the
output in [/4/2 — 272423729 — 2¢, /4/2 — 272423729, + 2¢] on step t/, and all other vertices with
edges to the output vertex output 0 in this time step. So, the total input to the output vertex is
within 272913727en + 2¢ < ¢//3 of /4/2. So, the net gives an output in [1/2 —€,1/2 + €] on step #/,
as desired. This also implies that the derivative of the loss function with respect to the weights of
the edges from all output vertices except v,y to the output vertex are 0 on step t’. So, for every
t" > 1, the weight of the edge from v, to the output vertex is still within e of its original value
at the end of step ¢’. This completes the induction argument.

This means that on step t,, all of the copies of v, and v, will still have outputs that encode
whether or not they have been set and what the sample output was on the steps when they were set
in the manner specified in lemma 11, and that the computation component will still be working.
So, the computation component will set z*t) = 2(t) and y*(t/) = y(t/) for each t' < t,. It will
also set z*(tn) = z(tn) " and then it will compute h (x(o),y(o), A NTIC x(t”)) correctly. Call this
expression y’. All edges leading to the output control and control vertices will still have weights
within € of their original values, so it will be able to make v, output 4y’ — 2, all other output
control vertices output 0, and none of the copies of M’ provide a nonzero input to the output vertex.
The output of vy, is 0 in all timesteps prior to t,, so the weight of the edge leading from it to
the output vertex at the start of step ¢, is within e of its original value. So, the output vertex
will receive a total input that is within 2¢ of %(Zy’ — 1), and give an output that is within 6e of

%(21/ —1). That is within 1/2 of 2y’ — 1, as desired. -
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This allows us to prove that we can emulate an arbitrary algorithm by using the fact that the
output of any efficient algorithm can be expressed as an efficiently computable function of its inputs
and some random bits. More formally, we have the following (re-statement of Theorem 2).

Theorem 18. For each n > 0, let Py be a probability measure on {0,1}", and Pr be a probability
measure on the set of functions from {0,1}" to {0,1}. Also, let By 9 be the uniform distribution on
{0,1}, t, be polynomial in n, and 6 € [—1/n’t,, 1/n’t,)n>1EGI 20 € 0,1}, Next, define o,
such that there is some algorithm that takes t, samples (x;, F(x;)) where the x; are independently
drawn from Px and F ~ Pr, runs in polynomial time, and learns (Pr, Py) with accuracy o. Then
there exists v > 0, and a polynomial-sized neural net (G, f) such that using perturbed stochastic
gradient descent with noise §, learning rate vy, and loss function L(z) = 2% to train (G, f) on ty,
samples ((2v; — 1,2r; — 1),2F (2;) — 1) where (z4,7;) ~ Px X By learns (Pr, Px) with accuracy
a—o(l).

Proof. Let A be an efficient algorithm that learns (Pr, Py) with accuracy «, and t,, be a polynomial
in n such that A uses fewer than ¢, samples and random bits with probability 1 — o(1). Next,
define h,{0, 1} (2 Dinttntn={01} guch that the algorithm outputs hy (21, ..., 2¢,, b1, ..., by, , ') if it
receives samples 21, ..., 2, random bits by, ...,b;, and final input /. There exists a polynomial
tr such that A computes hy (21, ..., 2t,,, b1, ..., by, , ') in ¢} or fewer steps with probability 1 — o(1)
given samples 21, ..., 2, generated by a function drawn from (Pr, Py), random bits by, ..., b, , and
a’ ~ Py. So, let bl (z1, ..., 2zt,,b1, ..., by, , &) be hp(z1, ..., 2, b1, ..., by, , &) if A computes it in ¢} or
fewer steps and 0 otherwise. h!, can always be computed in polynomial time, so by the previous
lemma there exists a polynomial sized neural net (G, f) that gives an output within 1/2 of
20, ((21,91), s (%1, Yt,, )5 b1, -, bty &) — 1 with probability 1 — o(1) when it is trained using noisy
SGD with noise A, learning rate 2716/33%% and loss function L on ((2z; — 1,2b; — 1),2F (2;) — 1)
and then run on 22/ — 1. When the (z;,y;) are generated by a function drawn from (Pr, Py ), and
a' ~ Py, using A to learn the function and then compute it on 2’ yields h/ (21, ..., 21, , b1, ..., by, , ')
with probability 1 — o(1). Therefore, training this net with noisy SGD in the manner described
learns (Pr, Py) with accuracy a — o(1). O

Remark 18. Like in the noise free case it would be possible to emulate a metaalgorithm that learns
any function that can be learned from n® samples in n® time instead of an algorithm for a specific
distribution. However, unlike in the noise free case there is no easy way to adapt the metaalgorithm
to cases where we do not have an upper bound on the number of samples needed.

Remark 19. Throughout the learning process used by the last theorem and lemma, every control
vertex, output control vertex, and vertex in the computation component always takes on a value
where the activation function has derivative 0. As such, the weights of any edges leading to these
vertices stay within € of their original values. Also, the conditions of lemma 11 are satisfied, so
none of the edge weights in the memory component go above € more than double their original
values. That leaves the edges from the output control vertices to the output vertex. Fach output
verter only takes on a nonzero value once, and on that step it has a value of 2. The derivative of the
loss function with respect to the input to the output vertex is at most 12, so each such edge weight
changes by at most 24~y + € over the course of the algorithm. So, none of the edge weights go above
a constant (i.e., 22423%) during the training process.

6.3 Additional comments on the emulation

The previous result uses choices of a neural net and SGD parameters that are in many ways
unreasonable. This choice of activation function is not used in practice, many of the vertices do not
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have edges from the constant vertex, and the learning rate is deliberately chosen to be so high that
it keeps overshooting the minima. If one wanted to do something normal with a neural net trained
by SGD one is unlikely to do it that way, and using it to emulate an algorithm is much less efficient
than just running the algorithm directly, so this is unlikely to come up.

In order to emulate a learning algorithm with a more reasonable neural net and choice of
parameters, we will need to use the following ideas in addition to the ideas from the previous result.
First of all, we can control which edges tend to have their weights change significantly by giving
edges that we want to change a very low starting weight and then putting high weight edges after
them to increase the derivative of the output with respect to them. Secondly, rather than viewing
the algorithm we are trying to emulate as a fixed circuit, we will view it as a series of circuits that
each compute a new output and new memory values from the previous memory values and the
current inputs. Thirdly, a lower learning rate and tighter restrictions on how quickly the network
can change prevent us from setting memory values in one step. Instead, we initialize the memory
values to a local maximum so that once we perturb them, even slightly, they will continue to move
in that direction until they take on the final value. Fourth, in most steps the network will not try
to learn anything, so that with high probability all memory values that were set in one step will
have enough time to stabilize before the algorithm tries to adjust anything else. Finally, once we
have gotten to the point that the algorithm is ready to approximate the function, its estimates will
be connected to the output vertex, and the output will gradually become more influenced by it over
time as a basic consequence of SGD.
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