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Abstract

Ptychography, a special case of the phase retrieval problem, is a popular method in
modern imaging. Its measurements are based on the shifts of a locally supported window
function. In general, direct recovery of an object from such measurements is known to be
an ill-posed problem. Although for some windows the conditioning can be controlled, for
a number of important cases it is not possible, for instance for Gaussian windows. In this
paper we develop a subspace completion algorithm, which enables stable reconstruction
for a much wider choice of windows, including Gaussian windows. The combination with
a regularization technique leads to improved conditioning and better noise robustness.
Keywords: phase retrieval, ptychography, regularization

1 Introduction

The aim in the phase retrieval problem is to recover a vector x¢ € C? from measurements given
by
2 2
yj = [{wo, ap)|” + njory = |Az[” +n, 1)

where the measurement vectors a; (or the measurement matrix A, respectively) is known and
the noise n is unknown, but small. Note that no recovery method can distinguish the solution
candidates {¢? - g : 6 € [0,27]}, since they all generate the same set of measurements, so at
best, reconstruction is possible up to a global phase factor. To account for this ambiguity, one
typically measures the quality of reconstruction via

0
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.
Phase retrieval is a central problem in various applied fields such as optical imaging [1], crystal-
lography [2] or imaging of noncrystalline materials [3]. In these fields, the aim is to draw con-
clusions about an object of interest based on diffraction measurements made from illuminating
the object with some sort of radiation such as light waves or X-ray beams. These measurements,
however, only measure the intensity of the optical wave that is reaching a detector and are not
capable to measure any phase information [1], although it encodes important structural infor-
mation [4]. Thus, some restrictive model assumption or measurement redundancy is crucially
required for recovery.
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Figure 1: A typical one-dimensional ptychographic setup

1.1 Ptychography and locally supported measurements

Ptychography is a specific form of a redundant phase retrieval problem that received consid-
erable attention in recent years. Instead of a full illumination of the specimen zy, multiple
measurements are obtained where in each of them the X-ray beam is focused on a small region
of the object. For each focus region the intensities of the resulting far field diffraction patterns
are captured by a detector. In the experimental setup, this is realized by moving the object af-
ter each measurement. To obtain redundancies, the regions are chosen to be overlapping. The
whole process is summarized in Figure 1.

The history of ptychography dates back to works by Hoppe [5] from the late 60ths. In the
following decades it was studied mainly in a few works by Rodenburg and coauthors [6, 7, 8].
Only in 2007 with the development of new imaging methods and devices, ptychography was
rediscovered and became more popular, especially in the synchrotron community [9].

Ptychography has applications in many different research areas across life and material sci-
ences and has been successfully used to get image resolutions at a nanometer scale. For example
it was used to image the internal structure of silk fibers [10], the 3D pore structure of a catalyst
[11], and to visualize stereocilia, hair cells in the inner ear, necessary for hearing and balancing
that have a diameter in the nanometer range [12].

At the core of the measurement process is a detector that samples the intensities of the far
field diffraction pattern of the illuminated region. The measurements can be modeled by squared
magnitudes of the Fourier coefficients of the windowed image, that is,

2
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(yﬁ)] = Z wn(xO)n-i-ée d + nje, (]7 E) € [d] X P7 (2)

n=1

where P < {0,1,...,d — 1} is the set of shifts of the object, w € C% is a localized illumination
or window function and n ¢ is noise.



1.2 Overview of related work

The general phase retrieval problem has been widely discussed along the time period of the last
50 years in the scientific community and a lot of research has been put in developing algorithms
to tackle it efficiently. Earliest attempts are alternating projection algorithms developed in the
1970s by Gerchberg and Saxton [13] and Fienup [14]. An overview and a numerical evaluation
of such methods can be found in [15] and [16]. In general, algorithms based on alternating
projection are popular among practitioners because they are easy to implement, often have low
computational complexity, and produce reasonable solutions in many cases. Nevertheless, these
iterative methods are mathematically difficult to analyze and their performance heavily relies
on a good initial guess [17]. In particular, there are no global recovery guarantees for alternating
projection approaches.

Following the emergence of compressed sensing in 2004 a number of works aimed to analyze
the phase retrieval problem from a similar viewpoint. This includes works deriving conditions
for injectivity under generic measurements [18] and recovery guarantees for various algorithms
under random measurement scenarios — first for Gaussian random measurements with full ran-
domness [19, 20, 21, 22] and later for derandomized measurements such as subsampled spherical
designs [23] and coded diffraction patterns [21, 24, 25, 26]. The algorithms analyzed in these re-
sults, include convex optimization approaches such as PhaseLift [19] — these mainly show that
recovery in polynomial time is possible and are not feasible for larger problem sizes — and non-
convex alternatives such as the Wirtinger Flow algorithm [21], which pursues a gradient descent
strategy and, thus, is computationally more efficient. Up to this point, however, none of these
approaches provides guarantees for ptychograpic measurements.

With rising interest in ptychography several methods were developed specifically for mea-
surements of the form (2). An approach based on alternating projection methods known as PIE
[27] is commonly used by practitioners, but again not understood mathematically. Alternatives
that come with some mathematical guarantees include frame based approaches [28], numerical
integration strategies [29], methods based on the properties of the Wigner distribution[7, 30, 31],
and the so called BlockPR algorithm [32].

The last mentioned method, which is also the starting point for our paper, uses deterministic
measurement masks and a lifting scheme similar to PhaseLift [19]. However, it is much more
efficient as it exploits the locality of the measurement masks to reduce the dimension of the
problem from d? in PhaseLift to d(20 — 1) in BlockPR. In its initial version [33] BlockPR was
based on a greedy algorithm for recovery. Later, it was significantly improved by estimating the
phases via angular synchronization [32, 34] and extended to subsampled scenarios [35, 36]. All
of these works focus on rather restrictive classes of measurement windows; as we will see this
is due to inherent invertibility and conditioning problems. In this paper, we address this issue
proposing a strategy that allows for recovery even in the case of singularities.

2 Preliminaries
2.1 Notation and Fourier transform basics

Index sets will be expressed by the notation
[Pk :={k,....,k+n—1} c N’ EkeN’

where we set [n] := [n];. The Hadamard product u o v € C? of two vectors u, v € C? is given
entrywise by (u o v); = u;v;. Recall that for a complex vector u € C¢ its discrete Fourier



transform (DFT) 4 € C¢ is given by

d
~ —2mi(n—1)(k—1)
Uy = Z Upe d . (3)

n=1

We define the discrete circular convolution of two vectors u and v according to [37] as a
vector u * v with

d

(u*v) = Z Up— 10k, £ € [d].
k=1

The (discrete version of the) Convolution Theorem states that the Fourier transform of the
Hadamard product of two signals v and v in C¢ is the (circular) convolution of the Fourier
transforms of the two signals, i.e.,

—

UWov =1ux*0. (4)

A proof of this result can be found for example in [37].
The (discrete) circular shift operator S; : C* — C%, ¢ € 7 and the modulation operator
Wy, : C¢ — C% k € 7Z are given by

(Sgu)j = Upyj, UE e, je[d] (5)

and ‘ .
2mwi(k—1)(j—1) d .
(Wiu); :==e d uj, ueC? jeld. (6)

The next Lemma summarizes some well-known basic properties of the DFT, which are rel-
evant for this paper.

Lemma 1 (Elementary Fourier transform properties). Let the modulation operator Wy, be defined
as in(6), the DFT be defined as in (3) and the Shift operator Sy be defined as in (5). Then, the following
properties hold for every complex vector x € C:

1. Syx = WyZ,

2. (2), = (2) 4_ppo Vk € [d].
2.2 Model

One diffraction measurement (y,); in (2) corresponds to the j-th Fourier mode of the illuminated
specimen shifted by ¢. The window w that describes the illumination is assumed to have compact
support

supp(w) = [6] < [d],
where § denotes the support size. By combining the window with the modulation in (2) we
obtain masks mj, j € [d], given by

2mi(j—1)(n—1)
d .

(Mmj)n = Wne 7)
With this definition the squared magnitude measurements are of the form
(ye)j = [(Sewo, mp[® +nje = o, SEmpI* +nje, (5 4) € [K] x P, (®)

with K = d and m; given by (7). Further, we consider another set of masks, obtained by
subsampling in frequency domain, i.e.,

1 27i(n—1)(j—1)

(mj)n = Fmmin € T RS0 s ), ©)
o ifn>5,



In particular we are interested in a Gaussian window given by the formula

_ 0412
wn—exp{—(n202§2)}, n € [4], (10)

which is a good approximation of windows appearing in ptychography [38].

2.3 Idea of the BlockPR algorithm

The eigenvector-based angular synchronization BlockPR algorithm proposed by [32] and [34]
uses a linear measurement operator to describe how to retrieve the measurements (8) from the
signal xg. In order to introduce this linear operator, we first observe that in the noiseless case

the quadratic measurements can be lifted up and interpreted as linear measurements of the rank
one matrix xox(; as done in [4]. Indeed,

(ye)j = [<zo, SimjH* = (wo, Sfmy) - (Simy, wo) = m¥ Spwoxs Sim;

= tr(Symymj Sexoxs) = {xoxg, Sym;m;Ser,

where (-, ) denotes the Frobenius inner product defined as (A, B)r := tr(A*B). By this
reformulation, the phase retrieval problem is lifted to a linear problem on the space of Hermitian

d x d matrices H?. We consider all shifts £ € P = [d]o and recall that the masks are compactly

supported. Thus, we observe that for every matrix A € span {S mimy Sg} iR we have
JELE ) LElajo

A j = 0 when |k — j| < 6 or |k — j| > d — §. Based on this observation we introduce a family

of orthogonal projection operators Ts : H? — C%*%, given by

Ay iflk—jl <dor|k—j|>d—o,

0, else.

(T6<A))k,j = {

We see that T is the orthogonal projection operator from the space H? onto range T5(H%) 2
spans Sim,m*S } . Consequently, we can write
P { CTITT P etk eeldlo Auenty
(zozg, Sgmym;Sey = (Ts(zoxy), Sgmym} Se).

Finally we define the linear operator A : HP > CP, D .= K-d, describing the measurement
process as

A(X) = [<X, S’Z‘m]m;"S@] €5) " (11)

We will denote the restriction of the operator A to the domain T5(H?) by Al (H)-
The operator A|, 344y allows to reformulate (8) in the absence of noise as

() = [0, SEmpdI = (Ti(eow). StmymSe) = (Al ua T (w025) o5

which we wish to invert in order to obtain the lifted and on 7T projected rank 1 object
X() = Tg(wol'z;).

From this matrix we form a banded matrix X by entrywise normalization of non-zero entries
of Xo, 1. e.,

(Xo)k,; =

(Xo)k, 5 '
X {(Xo)k,j-w (Xo)k,j # 0, 2

0, otherwise.



The magnitudes of the entries of the signal zy can be recovered as square roots of the diago-
nal elements of X as in [33]. The phases of 2y can be obtained from the entrywise normalization
of the top eigenvector of matrix X as a result of solving the angular synchronization problem.
The whole reconstruction of ¢ as proposed in [32] is summarized in Algorithm 1.

Algorithm 1: Fast Phase Retrieval from Local Measurements

Input : Measurements i € R” as in (8)
Output: z € C? with z ~ e for some 6 € [0, 27]

1. Compute X = [.A]Té(;{d)] y € T5(H?) as an Hermitian estimate of Ts(zoz).

2. Form the banded matrix of phases X € Tg(’Hil) defined in (12).
3. Compute the normalized top eigenvector of X, denoted by 7 € C? with ||z, = V/d.
4.Setx; = \/X; ;- (%), for all j € [d] to form z € C%.

When the measurements are noisy, this approach needs to be refined for stable approximate
recovery. This gives rise to Block Magnitude estimation [36, 32, 34], which we also use as a
building block of our implementation to obtain the magnitudes. This technique utilizes the
banded structure of Xy by decomposing it into smaller fixed size block matrices from which
then separate magnitude estimates are made. The actual estimation is realized via calculating
and averaging the top eigenvector of each single block matrix which serves as a guess of the
underlying signal magnitude.

Note that invertibility and well-conditioning of the operator A|; (3,4 are crucial for a proper
recovery by Algorithm 1. In fact, invertibility of the operator .A’Té(Hd) strongly depends on the

selection of the measurement masks m;, j € [ K], which determines if the condition T5(H%) =

1 m*
span {Se m;m; Se}je[K],Ee[d]o

measurement masks

holds, which is equivalent to invertibility of A|r, (#)- In [33]

2wi(n—1)(j—1)

1 —n/a — .
() — | Fas3 € e i<l (13)
0 ifn >0,

where o € [4,00) and m; € C%,j = 1,...,26 — 1, are proven to be a good choice. They resemble
the structure of ptychographic masks (7) and at the same time allow for a stable inversion as
proven in Lemma 2 of [33].

3 Results

Under the model (13), it is shown in Lemma 2 of [33] that the operator A’T(S(Hd) is invertible.
However, it is also shown that its minimal singular value behaves proportional to 6! which
leads to severe conditioning problems as the support size increases. In addition, this analysis is
specific to masks of the form (13). First steps towards a more general choice of windows were
taken in [34, 36], but for many windows including Gaussian windows (10), the reconstruction
remained an open problem. The difficulty is that for many windows, the measurement operator
Al 7, (3ay is not even invertible. An example is the following statement.

Corollary 1. Consider masks of the form (9). Assume that d is even and the window w satisfies
the symmetry condition
Wy, = Ws—pn+1 foralln € [0].

Then, Al (34 is not invertible.

Corollary 1 is equivalent to saying that T5(H%) 2 span {SZ‘ mjm;‘Sg} UKl That is
JEL£ ], Eelafo

for symmetric windows there exists a nontrivial “lost subspace” £ < Tj5(H?) with T5(H) =



span {S s mimy S g} @L. The main idea of this paper is that the redundancy in X can
je[K]Le[d]o

be utilized to complete the information about the “lost subspace” £. Moreover, this technique
can be extended to the “approximately lost subspace” corresponding to the ill-conditioned part
of the operator A|T6('Hd) and, by doing so, better robustness to noise is achieved. The resulting
method, the main contribution of our work, is summarized in Algorithm 2. Its fundamental
ideas are presented in the remainder of this section.

3.1 Generalized inversion step

As discussed in Section 2, the measurement operator A is a linear function of Xy, the restriction
of oz to the 26 — 1 significant diagonals. Consequently, as observed in [33], by reorganizing
the entries of these diagonals as a vector, i.e.,

VeC(X[))j = (x0) Vj e [D], (14)

[0=1 (xo)[%w(jw—z) mod(26—1))—§+1

one can describe the measurement process as a matrix-vector product
M vec(Xp) =y

for an appropriate matrix M € CP*?_ Note that M is obtained by deleting the columns of the
matrix form of A‘Té (1) corresponding to the entries in the kernel of the projection 75. Thus,

to understand the invertibility and stability of the operator .A‘ 5 () it is sufficient to analyze
the conditioning of the matrix M.

We split the singular value decomposition of this matrix M into two parts corresponding
to all singular values above some threshold ¢ - these will form the matrix ¥; - and all singular
values less or equal to € — these will form the matrix >5. The matrices U and V' of the left
and right singular vectors are split accordingly into Uy, U and Vi, Va, respectively. That is, we
obtain

M=UXV* = (U UQ)(ES 22>(V1 V)"

The subspace S is defined as
S := span{V @ : V(@ column of V;}

As it was shown in Corollary 1, the inverse of operator A|, 3,4) and hence of M does not
exist. To account for this and possible ill-conditioning we will work with a regularized inverse,
which for € = 0 agrees with the Moore-Penrose pseudoinverse and which is defined as

-1
Mg'i= (W 1@)(210 8>(U1 Us )" (15)

For ¢ > 0 this thresholding yields a more noise robust version of the pseudoinverse operator.
Note that in all cases one has

MM = ViVi* (16)

By constructions, this operation yields a matrix in T5(H%) in vectorized form. Combined with
an embedding step that maps this vectorization back to matrix form, we obtain a regularized
inverse operator, which we denote by A|g1.

The strategy of our approach will be to first reconstruct the well-conditioned portion of the
signal Xg := A’;ly and then use the underlying structure to recover Xy from Xgs.



3.2 Subspace Completion Algorithm

The matrix X can be expressed through its diagonals L" , r € [2§ — 1], which are defined
componentwise as

(17)

L7 = @z(mo)zﬂ"fl fl<r<
: (xo)z+1(x0)z+1+'r—26 ifo+1<

where z € [d].

As a matter of fact, each of the columns of V, that is, each right singular vector of M, is
exclusively supported on a single diagonal. Even stronger, each Fourier coefficient of a diagonal
L™ can be computed using just one of the singular vectors, as given by the following theorem.

Theorem 1. Consider measurement masks of the form (9). Then,
L7 = Vd {vee(Xo), V), (18)

where q is decomposed as
g=(20—-1)(&=1)+r

with § € [d] and r € [26 — 1] and G denotes the discrete Fourier transform (DFT) of the vector
a € C% as in (3).

Note that equality (18) will not change if we replace Xy by an orthogonal projection Xg
onto a truncated singular space, as long as V(@ € S. Consequently, one obtains

Corollary 2. Under assumption of Theorem 1 in the noiseless case where Xs = A|§1y it holds
that .
L¢ if V@ is a column of Vi,

(vec(Xs) ) 0 if V9 is a column of Va.

Thus, completion of the lost subspace information is equivalent to finding the missing Fourier
coefficients of the diagonals L". For that, we exploit the redundancy in Xy as a projection of a
rank one matrix via the following lemma.

Lemma 2. Let L" and LY, r, ¢ € [§] be diagonals as defined in (17). Then, the following relation
holds
L" 08y 1(L")* = LYo S,_1(L%)*. (19)

This allows us to summarize the lost subspace completion in Algorithm 2.

In general equation (19) establishes a quadratic system. Arguably however, it is a common
case that at most one Fourier coefficient of each diagonal is missing and then (19) becomes a
linear system. Indeed, the singular values corresponding to a single diagonal L" are given by

o-r+l . omi(k—1)(E—1)
Z Wy Wer—1€ d , ke [d].
(=1

Since this expression as a function of k£ and extended to the full interval [1, d] is highly oscil-
lating, hitting zero at an integer point is a rare event, except for a zero that results from the
symmetry for £ = d/2 + 1 on some diagonals. Thus, encountering two zeros on one diagonal is
much less common than just one. For the same reason it is commonly the case that on at least
one of the diagonals one does not encounter any zeros. This heuristic leads to the assumptions
of the following theorem, which are indeed sufficient to guarantee recovery.



Algorithm 2: Fast Phase Retrieval from Locally Supported Measurements with Subspace
Completion

Input : Measurements y € RP as in (8), truncation parameter € > 0

Output: 2 € C? with 2 ~ e~ for some 6 € [0, 27]

1. Compute Xs = Alg'y € Ts5(H9).

2. Evaluate Fourier coefficients of diagonals L" corresponding to columns of V; by
Corollary 2.

. Recover missing entries of L7 for columns of V; by solving (19).

. Form X with diagonals L".

. Form the banded matrix of phases X € Ts5(H?) defined in (12).

. Compute the normalized top eigenvector of X, denoted by & € C? with ||#||, = v/d.

.Setzj = /X, ;- (), forall j € [d] to form z € C<.

N N U W

Theorem 2. Assume that
(A1) At least one diagonal L" is fully recovered in Step 2 of Algorithm 2.
(A2) At most one Fourier coefficient of each diagonal is missing.

Then (19) can be expressed as a linear system and Algorithm 2 recovers the lost Fourier coefficients
via standard solution strategies.

The numerical experiments presented in the following section confirm that assumptions
(A1) and (A2) are justified in realistic scenarios such as for Gaussian windows, and hence Al-
gorithm 2 yields improved reconstruction quality.

Robustness to Additive Gaussian Noise
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Figure 2: Comparison of the reconstruction accuracy between the BlockPR algorithm and the
BlockPR + SCy algorithm for window size § = 8 and dimension d = 64 (a) and d = 63 (b).
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4 Numerics

In this section we present numerical trials to asses the performance of Algorithm 2. Our main
objective is to demonstrate the positive effect of the additional recovery step between Steps 1
and 2 of Algorithm 1. In the following, we will denote by BlockPR the algorithm without that ad-
ditional step as originally proposed in [32] and summarized in Algorithm 1 above. As discussed
in Section 3, the subspace completion step is not only useful when information gets lost due to
zero singular values, but also in case of very small singular values that can give rise to instabil-
ities. In that case, Algorithm 2 is applied after deleting all the information which corresponds
to singular values of the measurement operator A|T6('Hd) below some threshold € > 0. We will
refer to this combined procedure by BlockPR + SC., where ¢ indicates the truncation level.

We will discuss three different examples in this section. In the first two examples we consider
the Gaussian window (10) with o = 0.3 and in the last example the exponential window as in
(13) with o = 1.

We first illustrate the guarantees of Theorem 2. Indeed, Gaussian windows in even di-
mensions fulfill the assumptions of Corollary 1 and also of Theorem 2, which indicates that
BlockPR + SCy should significantly outperform the original BlockPR algorithm. Figure 2 demon-
strates that this is the case.

In the second line of simulations we compare the reconstruction accuracy achieved for differ-
ent choices of truncation parameters €. Figures 3 and 4 show that larger truncation thresholds
yield better results for larger noise levels and smaller thresholds are better suited for smaller
noise levels. For small noise our approach significantly outperforms the competitor algorithm
Wirtinger Flow.

More specifically, we perform the following numerical experiments. For synthetic signal

Reconstruction for different c-parameter choices

d =64 d = 256
T T T T T T T T T T T T T T
109} 4 100 E
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L ! ! ! ! ! ! ! L L ! ! ! ! ! ! ! [
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—o— Wirtinger Flow = BlockPR + SCjjp-1 - BlockPR + SCyp-2
—+—BlockPR + SCyp-25 BlockPR + SCyp-3-e-BlockPR + SCjg-4

Figure 3: Comparison of the reconstruction accuracy for different truncation parameters ¢ for
the BlockPR + SC. algorithm and Wirtinger Flow for window size 6 = 8 and dimension d = 64
(left) and d = 256 (right).
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simulation we use i.i.d. zero-mean complex random multivariate Gaussian vectors. To model
noisy data we add random Gaussian noise to our measurements. The signal to noise ratios (SNRs)
will be measured in decibels (dB), that is, we consider

S0 20 (we)?
d(26 — 1)v? ’

where (yy); are measurements as in (8) and v? denotes the variance of the Gaussian noise. Unless
otherwise stated, we consider the relative error between the true underlying signal zo € C? and
its estimate = € C up to a global phase, i.e.

= — el
min ——m—=
oef0,27]  ||zolly
For more representative results each data point of the following Figures is the average of recon-
structing 100 different test signals.

We begin with a first experiment demonstrating the improved reconstruction accuracy of
the BlockPR + SCy algorithm over the BlockPR algorithm for the masks of the form (9) with
Gaussian window (10). Figure 2 a) shows the result of reconstructing a test signal of dimension
d = 64 for a window size 6 = 8 and different noise levels. As predicted by Corollary 1, the
BlockPR algorithm yields a large reconstruction error due to zero singular values resulting from
the symmetry of the window. The reconstruction error of the BlockPR+SCy algorithm, in con-
trast, shows significant decay for decreasing noise levels, similar to odd dimensions, where no
singularities arise (see Figure 2 b) for an example, where the results of BlockPR and BlockPR+5C
agree as there are no zero singular values. This decay is in line with Theorem 2. Indeed, Table 1
shows that there are only § — 1 = 7 zero singular values. So, by Corollary 3, there is at most
one zero singular value per diagonal. That is, assumptions (A1) and (A2) are satisfied, which
explains the good performance of BlockPR+SCy.

Signal reconstruction for exponential masks

T T T T T T T T T
=] r 1
S N :
£ - i
51071 | |
B i . 1
s3] I 1
g i ]
.9 .
T 1072} .
§ g - ]
% ‘|-~ Wirtinger Flow , ]
21073 || = BLockPR + SCjp-2s |
H—o— BlockPR .
C I I I I T T - | | B
10 20 30 40 50 60 70 80 90
Noise level in SNR

Figure 4: Reconstruction of a d = 64 dimensional signal with exponential masks for BlockPR,
BlockPR + SC1g-2.5 and Wirtinger Flow
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Table 1: Distribution of singular values for d = 64 and = 8 for Gaussian window.

Total | {0} | (107%,107%] | (1073,102] | (10-25,0.01] | (0.01,0.1] | (0.1,10]
960 | 7 8 22 50 578 295

In the remainder of the section we analyze the effect of different truncation levels. As we
observed in Figure 2, without truncation (¢ = 0) Algorithm 2 struggles with high noise. The
reason behind the suboptimal reconstruction quality is due to the large condition number of
the operator A\;l, whose application is at the core of the BlockPR algorithm. With the sub-
space completion technique at hand we improve the conditioning by disregarding information
corresponding to the small singular values and completing it after the inversion step.

The effect of different choices of ¢ is illustrated in Figure 3 for dimensions d = 64 and
d = 256. For comparison, we also include the Wirtinger Flow algorithm [21].

We observe that for increased truncation parameters ¢ reconstruction at low and medium
SNRs improves significantly. However, the error does not converge to zero anymore when noise
diminishes as assumptions (A1) and (A2) are no longer universally satisfied. In this case one
can no longer solve a linear system; rather, our implementation proceeds sequentially treating
all unknown values as zero. This is of course only a heuristics and not covered by our theory. In
fact, large truncation thresholds lead to a significant loss of information - e. g., for d = 64 and
e = 107! Table 1 shows that 2/3 of singular values are deleted, so complete reconstruction is
no longer possible even for very low noise. Thus, the optimal choice of € depends on the noise
level and should be based on a trade-off between noise robustness for low SNRs and perfect
reconstruction for high SNRs.

Increasing the dimension from d = 64 to d = 256 leads to slightly worse recovery with
Algorithm 2. However, the impact of the problem size on the performance of Wirtinger Flow is
much stronger. While for d = 64 it clearly outperforms Algorithm 2 except for very low noise
levels, for dimension d = 256 this is the case only for rather large noise.

We point out that the good performance of Algorithm 2 is not limited to Gaussian windows.
In our final example, we show that the subspace completion technique can be used to increase
the set of parameters for exponential masks (13). In this example we use v = 1, which is
beyond the range of stable invertibility. Figure 4 illustrates the performance of Algorithms 1
and 2 together with Wirtinger Flow for such masks. Although BlockPR outperforms Wirtinger
Flow for moderate noise levels, we improve the accuracy even further by the application of
Algorithm 2 with regularization parameter ¢ = 1072,

5 Proofs
5.1 Singular values of measurement operator and proof of Corollary 1

As discussed in Section 3, the action of the measurement operator .A can be described as a
matrix-vector product
M vec(Xp) = y.

As shown in Sections 2.2 and 4.4 of [33], the matrix M takes the form
M, My --- M 00 --- 0
0 My --- Ms4 Ms 0 --- 0

My My - 0 00 --- M
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where My, £ € [6], are (20 — 1) x (20 — 1) matrices given by

_ 2mi(n—1)(j—1)

POl o ifl<j<o—f+1,

0 ifo—-1+2<7<20—-0-1,
(Me)nvj = @g+1w£+j,25+1 _M . .

— Vw1 ¢ 251 if20 -0 <j<20—1,0<9,

0 ifj>1,and ¢ =6,

As shown in [33], M can be block diagonalized using the unitary block Fourier matrix
Uss_1 € CP*D defined as

Ias_1 Ins_q - Izs_q
2mi 2mi(d—1)
. Izs_q Iys_1e7a - Iys_1e” 4
Uss—1:= — )

\/E 2mi(d—2) 2mi(d—2)(d—1)

Ins_1 Ips—1e” 4 e Iys_qe d
2mi(d—1) 2mi(d—1)(d—1)

Iss—1 Ips—1e” d o Ixs_qe d

where I55_1 denotes an (2§ — 1) x (20 — 1) identity matrix. More precisely,
M = Uy;_1JUss_4,

where J € CP*P is a block diagonal matrix of the form

Ji 0 .- 0 O
0o Jy --- 0 O
Ti=| oo
0O O Ji—1 O
0O O 0 Jy
with blocks 5
Joi= Y M- ke [d].
/=1

26—1)x (26—1)

A single block matrix .J;, € C( can be expressed as

2k 0 --- 0
0 =z 0 :

Jp = Fas_1 - 2 , (20)
0 0o . 0
0o - 0 2p25-1

where Fys_1 denotes a discrete Fourier transform matrix of size C20-1)x(26-1)  Ag Uss—1 and
Fys5_1 are unitary matrices, the absolute values of the zj ;’s are the singular values of M. For
masks of the form (13) upper bounds on the condition number of these matrices have been
shown in [33]; they guarantee the stable invertibility of the operator Al (34) and matrix M
respectively. The next proposition, however, shows that this is specific to exponentially decaying
masks and that for a large class of masks naturally appearing in ptychography the operator
Alr, (#4) is not only ill-conditioned but even singular.

Proposition 3. Consider masks of the form (9). Assume that d is even and the window w satisfies
the symmetry condition
Wy, = We_pn41 foralln € [6].
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Then it holds that

0 — j is odd where j € [4],
0 — jiseven wherej € [0 — 1]541 -

Z;erl’j:Oif{ (21)

To fully understand the implications of Proposition 3 we note that the singular value de-
composition of the matrix M takes the form

Fas—1 0
M = Uzs_1JUjs 1 = Uzs_1 sgn (Z2) |Z| Usps_q, (22)
R/_/\/-J
0 Fs_q by v
U

where Z is the diagonal matrix in C”*?, which contains all z; ; for k € [d], j € [26 — 1] on its
main diagonal and the operations sgn and | - | are taken entrywise.

With this expression for the SVD at hand, Proposition 3 directly yields Corollary 1, as every
vanishing zj, ; corresponds to a zero singular value of M. Therefore, the matrix M cannot be
invertible and, consequently, neither can the operator A|, 3a), as stated in Corollary 1.
Moreover, Proposition 3 provides explicit expressions for the index set Z corresponding to these
zero singular values of M, as we will see below.

Proof of Proposition 3. We first consider the case 1 < j < . By (20),

x AR 2mitk=1)(e=1)
Rk,j = (F26—1 ) Jk)j,j = Z WyWjip—1€ d
=1
: _d
Setting k = § + 1, we get

d—j+1 5—j

I mi(—1 — ¢

Fdy15 T Z Wow; 1™ = Z Wy wj1e(—1)
t=1 =0

w, ¢ il §—j—t
= ) Ws—eWs—j—r1(—1)" = Z wj+£w€+1(—1)( =0,

£=0 £=0

where in the third equality we used the symmetry of the window w and in the last one we
changed the summation order. We continue by averaging the first and last reformulation of

Zdyy obtaining
6—j
1 1 1 ¢ 5—j—t
a1y = QP T gRd = ;gwf”w“lz <(_1) DT )
6—j ¢
-1 :
= wj+ewz+1(2) (1 + (—1)5_]_%> :
=0

When § — j is odd, the last factor vanishes in all the summands and hence

Z%JFLJ- = 0.

For the case 0 + 1 < j < 20 — 1, we get analogously

Zdy = 0if 9 — j is even.
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Proposition 3 can be reformulated in terms of the matrix V5 as follows.

Corollary 3. Consider measurement masks of the form (9). Assume that d is even and the window
w satisfies the symmetry condition

Wy, = Ws_pn41 foralln € [6].

Then the right singular vector V9 corresponding to the singular value |za 4 | is a column of Vo
g+l
provided the index q is of the form

qg=(20—-1)(d/2+1)+r
withr € Z, where the set T of size |Z| = § — 1 is given by
I={je[d]:0—jisodd} u{je[d—1]s41:0— jiseven}

Equivalently, L r € L, are not recovered in the step 2 of Algorithm 2.

441
5.2 Proof of Theorem 1 and Corollary 2
Proof of Theorem 1. First we use the definition of the DFT (3) and the diagonals L" (17) to obtain

d
— _ 27i(n—=1)(£-1)
Lg=>e " & L
n=1

d _27mi(n=1)(§-1) —— 3
Z e d (20),,(T0)n+r—1 if 1<r<9,
1

— n

_2miln=1)(€-1) .
e d (20),41(T0)ng14r—2s if 14+0<7r<20—1.

M~

1

n

To reformulate the right hand side of (18), we need an alternative representation of the vector-
ization of X as given in the following lemma.

Lemma 3. Decomposing q € [D] as
g=20-1)—1)+rwith§e[d],re[2§ —1],

one can express the vectorization of Xo from formula (14) as

if 1<r<o,
et - (@ wieres
(950>g+1(950)§+r—25+1 ifl1+0<r<26—1

The proof of the Lemma can be found in the Appendix.
Recall that by (22), one has that V' = Uss_1. Thus, as for every column of Uss_1, the indices
of V(@ can be expressed as

1 2miE=1)s . B
(V(q)) _ (Ug(g) 1) I By~ if ¢ mod(26 — 1) =r,
¢ e 0 else ,



16

where s = l%J. We obtain that

d
_ 27i(—-1)(n—1)
\/g <V€C(X0), V(q)> = Z e d VeC(XU)(Q(;,l)(n,l)Jrr
=1

3

_ 2mi(n—1)(§—1) ——

D=

e T (20),(T0)ntr—1 if 1<r<§,
— Jn=1
d ,
_ 2mitn=1)(6=1) _
Z € ¢ (70) 41 (T0) 14725 I 1+0<7r <201,
n=1
where the last equality follows from Lemma 3. 0

Corollary 2 now follows directly from the definition of Xg.

Proof of Corollary 2. Combining the definition of X s with (16), we obtain

vec(Xs) = Mg'y = Mg ' M vec(Xo) = Vi Vi* vec(Xo)

and
Vd {vee(Xs), VD) = VAWV vee(Xo), V(D) = Vid(vee(Xo), ViVFV W)
- Vd{vec(Xp), V@) if V(@ column of V7,
0 if V(@) column of V5,
which concludes the proof. O

5.3 Recovery of lost coefficients and proof of Theorem 2

In this section we will show that under the assumptions of Theorem 2, Algorithm 2 provides a
feasible and reliable procedure to complete the restricted low-rank matrix Xg. We first prove
Lemma 2, which establishes that, under the assumptions that the algorithm is tractable and the
solution of (19) is unique, Algorithm 2 yields the right answer.

Proof of Lemma 2. Observe that for arbitrary j € [d]

(L7 0 Sp-1(L7)*); = (w0);(20)jr—1 - (20)j40-1(%0) gy r s

— @0); (@0)s 01 (20)sr1(T0) s r—s = (L0 Spma (L) .

J

O]

In the remainder of this section, we will show tractability and uniqueness, which will both
follow from the fact that under Assumptions (A1) and (A2), (19) is in fact a linear relation.

The main idea is that for the index r corresponding to the diagonal that is fully known by
(A1), the left hand side of (19) is known, and all but one Fourier coefficients of the right hand
side consists of products of different coefficients. Thus, one obtains linear equations in the real
and imaginary parts of the single unknown coefficient. This is formalized in the following proof
of Theorem 2.
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Proof of Theorem 2. Let us denote by L" the diagonal with all known entries, provided by as-
sumption (A1). Due to assumption (A2) we are missing at most one Fourier coefficient on each

of the other diagonals L, say at position ¢ € [d]. To estimate this missing coefficient, we work
with the discrete Fourier transform of the quadratic relationship (19). Using the convolution
theorem (4) and Lemma 1, we obtain the following expression for the j-th Fourier coefficient.

Cj = (LT e} Sg_l(Lr)*)Aj

Il
/
~

~
O
9
L
—~
~
T
N———
<)

d d —
- 2ri(r—1)(p—1) —— 2wi(r—1)(p—1) — -
=D Lpne @ (LO*,=de @ L pnlfa g
p=1 p=1
We note that forp € C := {j + 1 — ¢,d + 2 — ¢} the corresponding summand on the right

hand side contains Lf, or L/,; all other summands are known by Assumption (A2). For j = 1,

C is a single index, which leads to a quadratic term | L, |?. For this reason we skip the case j = 1
in the following considerations. For j # 1, let

d I
2ri(r—1)(p—1) —> -
Zj = Z e d Lej_p_;_lLed,erg.
p=1
pEC

We obtain

2rir=1)(i=a) 7 2mi(r—1)(d—g+1) = =
d d

LTk 0, A i
cj—zj=L%e Lt _jiq41+e L ]_d+q_£L q-

aj:= b]:

By decomposing the complex numbers in the previous equation into their real and imaginary
part we get

[ Re(a;) + Re(b;) —Im(a;) + Im(b;) ][ Re(LY,) ] B [ Re(c; — 2) ]

Im(aj) + Im(bj)  Re(aj) — Re(by) Im(L%,) I'm(cj — zj)
:?&j Uy
Combining these linear systems for all j = 2,...,d we obtain the overdetermined linear
system

Q2 . v2 .

Q ¢ v ‘
3' Re(é\q) — 3 — Q . Re(é\q) = 0. (23)
: Im(Lt) : Im(L)

Qd Vd

: . . o =
This system can be solved using least squares to approximate the missing component L*,.

After this estimation step all entries of the diagonal L¢; are available and one can obtain an
estimate for the vector L’ via the inverse DFT. This procedure is repeated for all diagonals L*
with 1 < ¢ < ¢4 that have missing Fourier coefficients. This recovers the upper triangular part
of Xy. To obtain the remaining entries, we use that X is a Hermitian matrix. O
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6 Conclusion and Future work

In this paper, we proposed a subspace completion technique, which extends the range of appli-
cability of the BlockPR algorithm in ptychography to a larger class of windows. Furthermore,
our technique can be used as a regularizer for better noise robustness. The next step will be to
analyze the case of more than one zero entry per diagonal in more detail. As this scenario gives
rise to nonlinear dependencies, this will likely require a very different set of tools. Also, we plan
to consider the extension of the technique to models with shifts longer than 1 as proposed in
[36] and [35].
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A Proof of Lemma 3

We start by considering the case that 1 < r < J. Then to rewrite the index of the first factor on
the right hand side of (14), we observe that it follows from the decomposition of g that

q+5—1_(2(5—1)(5—1)+7’+6—1_§_1+r+5—1
20—1 26 — 1 B 26 —1
Since r € [§], it follows that
1 1) r+d6—1 26 —1
- < < < =1
2 26 — 1 26 — 1 26 —1 ’
and, thus,
q+o—1]|
{25—1 W_g.

Furthermore, we have

(@+0—2)mod(26 —1) = (26 — 1)(§ — 1) + 7+ 6 — 2) mod(26 — 1)
= (r+d0-2)mod(20 —1) =r+46 -2

Thus, the index of the second factor on the right hand side of (14) can be rewritten as

{q+5—1

55 1 W+[(q+5—2)mod(26—1)]—6+1:§+7“—1.

Consequently, we obtain that vec(Xy), defined in (14) can be written as

vec(Xo)g = (20)¢(20)e4r—11f1 <r < dand € [d].
<r

In the second case we have 1 + < 26 — 1, which immediately gives

20 r+d—1 36—2
< < < < 2,
20 —1 26 —1 26 — 1
and, thus, the index of the first factor on the right hand side of (14) is given by

qg+dé—1
260 —1

1

|-eon

Furthermore, analogous to the previous case we get
(q+d6—2)mod(26 —1) =7 — (6 + 1),
so that the index of the second factor in (14) becomes

{q—l—é—l

51 }+[<Q+5—2)mod(26—1)]—5+1:§+r—25+1.

Finally, we get that vec(X(), as defined in (14) can be written equivalently as

vec(Xo)g = (20)g11(T0)err—2041 1+ <7 <20 —1and{ € [d].
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