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Abstract

Beamforming design with partial channel estimation and feedback for frequency-division duplexing
(FDD) reconfigurable intelligent surface (RIS) assisted systems is considered in this paper. We leverage
the observation that path angle information (PAI) varies more slowly than path gain information (PGI).
Then, several dominant paths are selected among all the cascaded paths according to the known PAI
for maximizing the spectral efficiency of downlink data transmission. To acquire the dominating path
gain information (DPGI, also regarded as the path gains of selected dominant paths) at the base station
(BS), we propose a DPGI estimation and feedback scheme by jointly beamforming design at BS and
RIS. Both the required number of downlink pilot signals and the length of uplink feedback vector are
reduced to the number of dominant paths, and thus we achieve a great reduction of the pilot overhead and
feedback overhead. Furthermore, we optimize the active BS beamformer and passive RIS beamformer
by exploiting the feedback DPGI to further improve the spectral efficiency. From numerical results, we

demonstrate the superiority of our proposed algorithms over the conventional schemes.
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I. INTRODUCTION
A. Motivation

Recently, reconfigurable intelligent surfaces (RISs) (also known as intelligent reflecting sur-
faces, IRSs) have been envisioned as a promising technique for the beyond fifth-generation
(B5G) and sixth-generation (6G) wireless communication systems due to their potential to smartly
reconfigure the wireless propagation environment in an energy-efficient and environment-friendly
manner [1]-[3]. RISs are nearly-passive devices composed of arrays of reflecting elements which
can reconfigure the incident signals [4]]. Specifically, if the channel state information (CSI) is
perfectly known, the quality of wireless communication can be improved by adjusting the RIS
reflection coefficients with the aid of a centralized controller [5]]. Therefore, the optimization
of RIS reflection coefficients has been widely studied under different setups [6], [7], where the
effectiveness of RIS in achieving high spectral efficiency with low energy and hardware cost is
verified [5], [8]], [9].

To fully exploit the potential of RIS-assisted communication systems, the centralized controller
needs to acquire the CSI accurately [10], so most of the aforementioned literatures mainly
assume the perfect CSI is available [11]. However, the acquisition of CSI is very challenging
in practice. In the widely used time-division duplexing (TDD) systems, downlink CSI can be
acquired by the uplink channel estimation according to the channel reciprocity between the uplink
and downlink wireless channels [12]-[15 ]ﬂ Hence, existing works mainly consider the channel
estimation problems in TDD RIS-assisted systems [16]—[21]]. In practice, however, considering
the difference between radio frequency (RF) circuits of the transmitting branch and the receiving
branch, the required accuracy of antenna array calibration to maintain the channel reciprocity in
TDD mode is extremely high [22]. Therefore, it is of importance to come up with the design and
optimization of RIS-assisted systems for the widely used frequency-division duplexing (FDD)
mode, where the uplink and downlink channels are operated at different frequency bands [23].

Since the channel reciprocity no longer holds in FDD systems, downlink CSI should be
estimated using downlink pilot signals at the user equipment (UE) and then fed back to the base

station (BS). However, the overhead of directly feeding back the downlink CSI is unaffordable

'The experimental results in [12] validate that the channel reciprocity holds in RIS-assisted TDD systems as long as the
employed RISs are commonly designed and fabricated, and conform to the prerequisite of the Rayleigh-Carson reciprocity

theorem, which has been discussed in detail in [[12].



in practice, especially for RIS-assisted systems with an extremely large number of RIS elements
[24]. Although there is no path gain reciprocity between the uplink and downlink channels in
FDD RIS-assisted systems, it is pointed out that angle reciprocity (i.e. the angles of paths are
quite similar in the uplink and downlink channels) still holds [[12]], [25]. Therefore, in order to
effectively reduce the feedback overhead in FDD RIS-assisted systems, we focus on estimating
and feeding back the path gain information (PGI), while the path angle information (PAI) can
be obtained via the angle reciprocity [12]. Furthermore, motivated by [26], we select several
paths as dominant paths, and then estimate and feed back their corresponding dominating path

gain information (DPGI) to further reduce pilot overhead and feedback overhead.

B. Related Work

Over the years, various channel estimation techniques for the RIS-assisted systems have been
proposed [16]—[21]. In [16] and [21]], utilizing the sparse property of millimeter wave (mmWave)
channels [27], [28], the compressive sensing (CS) based estimator and the alternating direction
method of multipliers (ADMM) based estimator have been proposed, where both of which
estimate the cascaded channel with a low training overhead. In [[17]], a two-step channel estimation
approach exploiting the common row-column-block sparsity structure among the uplink channel
matrices of all users has been proposed. Although the aforementioned works [16]—[21]] mainly
consider the channel estimation problems for TDD mode, the estimators proposed can be easily
extended or effectively applied to PAI acquisition at BS for FDD mode [23]].

Existing works focused on FDD RIS-assisted networks are relatively limited (see, e.g. [13],
[23]], [24]], [29]-[33]). Specifically, to avoid the performance degradation in practical application
of RIS-assisted systems, the authors in [29] and [30] discussed the downlink channel tracking
and the optimization of phase shifts at RIS, respectively. Moreover, a two-way passive RIS
beamforming design has been proposed in [31]], where the passive beamformers for downlink and
uplink are optimized simultaneously. Besides, the authors in [32] further extended the reflecting
beamforming design to multi-user scenarios, which effectively shows the great potential of RIS in
FDD systems. In addition, we note that the system performance of FDD RIS-assisted networks is
often limited by the unaffordable CSI feedback overhead. In [13] and [23]], the similarity among
the RIS-UE channels of all users is exploited to reduce the CSI feedback overhead. The authors
in [24] designed a cascaded codebook for the feedback of PGI by assuming that downlink CSI
(including both PAI and PGI) is perfectly known at UE, and further carried out an in-depth study



for multi-RIS-assisted systems in [33]. On this basis, we turn to consider the feedback of DPGI
with a smaller dimension (rather than the whole PGI) by selecting several dominant paths to
further reduce the feedback overhead, and the DPGI estimation scheme with low pilot overhead

is also provided.

C. Main Contributions

In this paper, we propose a path selection technique with reduced pilot overhead and feedback
overhead as well as a partial CSI-based beamforming design for the FDD RIS-assisted wireless
communication systems. Our main contributions are summarized as follows:

« We propose a path selection strategy for the FDD RIS-assisted systems. It is observed that
PAI varies more slowly than PGI, so PAI can be considered as unchanged and acquired by
BS during a relatively long time named ‘angle coherence time’ [34]]. Hence, we calculate the
contributions of all the cascaded paths to the spectral efficiency based on PAI, and remove
the path with minimal contribution sequentially, where the active and passive beamformers
are optimized alternatively. Then, the remaining paths and their corresponding PGI are
regarded as selected dominant paths and DPGI, respectively. In this way, the dimension
of vector (corresponding to DPGI) to be estimated and fed back are effectively reduced
without significant performance degradation.

« We propose a DPGI estimation and feedback scheme by exploiting PAI known at BS accord-
ing to the angle reciprocity, where the accuracy of DPGI estimation is greatly improved by
jointly designing the active BS beamforming and passive RIS beamforming. In our proposed
scheme, we set the required number of downlink training pilot signals and the length of
uplink feedback vector to the number of dominant paths. Therefore, we achieve a great
reduction of the pilot and feedback overhead over the existing least square (LS)-based and
minimum mean-square error (MMSE)-based estimators [21]E]

o We propose an algorithm to alternatively update the active and passive beamformers on
the basis of fed back DPGI for further improving the spectral efficiency of downlink data
transmission. Moreover, numerical results of the proposed schemes together with several
conventional schemes are provided, from which we demonstrate the superiority of proposed

algorithms in system performance, required pilot signals and feedback overhead.

“The number of pilot signals required for LS-based estimator and MMSE-based estimator is often on the order of the number

of BS antennas/RIS elements [35].



D. Paper Outline

The rest of this paper is organized as follows. The system model of the RIS-assisted mmWave
communications is presented in Section [[IL Then, the path selection technique, DPGI estimation
and feedback scheme, and beamforming design are proposed in Section Simulation results

are provided in Section Finally, we conclude our work in Section

E. Notation

In this paper, lower-case and boldface capital letters represent column vectors and matrices,
respectively. Besides, We denote (+)*, ()%, (DX, |-, [ |l [ - llgs (-)7% R{-}, E{-}, and Tr{-}
as the conjugate, transpose, conjugate transpose, determinant of a matrix/absolute value of a
scalar/cardinality of a set, Euclidean norm of a vector, Frobenius norm of a matrix, inverse, real
part, statistical expectation, and trace operators, respectively. vec{-} denotes the vectorization of
a matrix (i.e. a linear transformation which stacks the columns of a matrix on top of one another
to obtain a column vector), and invec{-} denotes the inverse of vectorization. The Hadamard
product and Kronecker product are denoted by © and ®. In addition, all 0 matrix and all 1
matrix with dimension of M x N are represented by 0,/xn, and 1, , respectively, and I,
denotes an identity matrix of size M x M. X%/ denotes the (4, j)-th element of matrix X. Finally,

CN(0,R) denotes the zero-mean complex Gaussian distribution with covariance matrix R.

II. SYSTEM MODEL

In this section, we discuss the signal model of the RIS-assisted mmWave wireless communi-
cations and the angle reciprocity for the FDD RIS-assisted systems. We then explain the channel

feedback mechanism for the FDD RIS-assisted wireless communication systems.

A. RIS-assisted mmWave Wireless Communication Model

In this paper, an RIS-assisted mmWave wireless communication system is investigated. Since
the direct BS-UE channel has been studied extensively in many previous works and blockage is
a critical issue for mmWave wireless communications, we consider the case without a direct link
between BS and a single-antenna UE [23]]. This means that an RIS is used to improve the quality
of wireless communication. Through an RIS controller, BS can control the RIS to manipulate
the electromagnetic response of incident waves. In our work, uniform planar arrays (UPAs) are

equipped at both BS and RIS. By using the subscript ‘v’ for vertical system parameters and the



subscript ‘h’ for horizontal system parameters, the number of BS antennas and RIS elements
can be expressed as Ng = Ngy X Ngj and Ng = Ng, X Ng . The cascaded channel vector

h € CV¥s*1 petween BS and UE is
h" = hi; WHgg, (1)

where Hrp € CM2*Vs and hgy € CM2*1 denote the BS-RIS channel matrix and the RIS-UE

channel vectors. The reflection coefficient matrix of RIS can be expressed as
v = diag(y) = diag([ejd’l, e ,eijR}T) e CNrxNr 2)

According to the sparsity of mmWave channel, Hgrp can be expressed as the sum of several

propagation paths, which is given by [10]], [27]

NNV,
Hyp = |/ —— Agg diag(a) A} € CNw* e, 3)
RB
where Lgp and a = [o,s,...,a1,,] € CEesx1 denote the number of paths in BS-RIS
channel and the normalized complex gain with o, ~ CN(0,1) for p=1,2,..., Lgp.
Similarly, hil;; is given by
N,
hil, = L_;;gTAgU € C* e, (4)

where Lgy and B = [f1, Ba, . . . ,BLRU]T € CFrux1 are the number of paths in RIS-UE channel
and the normalized complex gain with 5, ~ CN(0,1), for ¢ = 1,2,..., Lry. Furthermore,
Ap = [ap1,apy,...,ap 1) € CVBXIRE . App = [arp1,8RB2, - .-, ARB.Lys) € CVR*IRE | and
Agrvu = [aRU1,ARU2, - - - ARU, Lpy) € CNrxLru are the transmitting array response matrix at BS,
the receiving array response matrix at RIS and the transmitting array response matrix at RIS,

respectively. For p=1,2,..., Lgg and ¢ = 1,2,..., Lgry, we have

aB,p = ay (NB,Va HB,v,p) ® ap (NB,h> QB,v,pa 9B,h,p) S CNBXl) (5)
arppy = & (NRv, PrBvp) @ an (NR by ORBv.p, PRBLp) € CVEXY (6)
arug = av (NRovs ORUv.g) @ an (Nrbs ORU v.gs ORU L) € CVR¥E @)

where the array response vectors of half-wavelength spaced UPAs are given by [24]

Nv, (9 F [ J7rcos 9v ejﬂ'(Nv 1)cos(0v)} € CNV><17 (8)

Nh; 9V7 Qh / 1 ejrsm sm(@h)’ o 7€j7r(Nh—1) sin(@v)sin(Gh)}T c (Cthl (9)



with 0g v p, OrRBvp> a0d Oru v,q (0B h,p» PRB,hp> and Oryu 1 4) denoting the angle of departure (AoD)
of the p-th path for BS-RIS channel Hgpg, the angle of arrival (AoA) of the p-th path for BS-RIS
channel Hgrp and the AoD of the ¢-th path for RIS-UE channel hgy in the vertical (horizontal)

direction, respectively. Then, the channel vector in (1) can be rewritten as

H _ NBNI% T A H : H
h" = T,@ AV Agg diag(a)Ag, (10)

where L = LyrpLgy represents the total number of cascaded paths.
For the RIS-assisted wireless communication model, the downlink signal received at UE can

be expressed as

y = v/ Ph%s +n, an

where P, is the transmitting power, f, € CV3*! is the active beamformer at BS, s is the signal
transmitted from BS satisfying E [ss*] = 1, and n ~ CN (0,02) is the complex Gaussian noise

with noise power o2. Then, the achievable downlink spectral efficiency R is [26], [36]

P
R = log, <1+0_—;E Uthth. (12)

B. Angle Reciprocity for FDD RIS-assisted Systems

It is observed that only the signal components which physically reverse uplink propagation
paths can be transmitted in the downlink for traditional FDD communication systems [26].
Hence, when the carrier frequencies between downlink and uplink channels do not differ too
much, although their PGIs differ from each other, uplink PAI and downlink PAI are fairly similar,
this phenomenon is often called angle reciprocity [26]]. However, the introduction of RIS between
BS and UE raises a question: are the uplink PAI and downlink PAI still similar? Fortunately,
it can be proven that angle reciprocity still holds for the RIS-assisted wireless communications
[12]]. Therefore, BS can estimate the uplink PAI by using the pilot signals sent from UE, and
then exploit the estimated PAI for the downlink beamforming design according to the angle
reciprocity. In addition, channel estimation problems for the RIS-assisted systems have been
widely studied (see, e.g. [[16]-[18], [21]]). Although many of them consider the TDD mode, the
estimators can be easily extended or effectively applied to the acquisition of PAI at BS for the
FDD mode [23], [37]]. For example, according to the CS-based scheme in [21], the positions of
cascaded paths can be calculated in the angular quantization grid, and then the estimate of PAI

is acquired.



C. Channel Feedback for FDD RIS-assisted Systems

In the FDD systems, the downlink CSI fed back from UE is essential for the beamforming
design. The random vector quantization (RVQ) codebook is widely used for the CSI feedback.

In this scheme, UE first normalizes the vector z € CV*! to be fed back as Z = Tl and then

feeds back the codeword b satisfying [34]]
b= arg max |2ch|2, (13)
be{1,2,,2B}
where Cryq = [c1, Ca, . . ., Co5] € CV*2” is the pre-defined B-bits RVQ codebook with ||c;||* =
1forb=1,2,...,28 E] To properly control the quantization distortion, the required number of

@ x SNR, where SNR denotes the signal-to-noise-ratio

feedback bits is given by B ~
for codeword transmission [26]]. However, for a FDD RIS-assisted communication system with
Ngy antennas at BS and Ny reflecting elements at RIS, the overhead of directly feeding back
downlink CSI (including both PAI and PGI) with dimension of Ng /Ny X 1 is unbearable, which
leads to an extremely huge number of feedback bits to achieve an acceptable feedback distortion
[24]]. Fortunately, downlink PAI can be acquired by the uplink channel estimation via the angle
reciprocity and the slowly-varying characteristic of PAI. Then, only downlink PGI with dimension
of L x 1 needs to be fed back. Thus, the dimension of feedback vector can be reduced from
NNy x1to L x1, where L = LgrpLry represents the total number of cascaded paths [24]]. On
this basis, inspired by [26], we choose a few dominant paths maximizing the spectral efficiency

from all the cascaded paths, and feed back corresponding DPGI instead of the overall PGI to

further reduce the feedback overhead in FDD RIS-assisted systems.

III. PROPOSED PATH SELECTION BASED SCHEME

In this section, we present the path selection based feedback reduction and beamforming
design scheme. The overall strategy and main steps are summarized in Fig. [1]
o Step 1 (PAI acquisition): BS estimates the uplink PAI by using the pilot signals sent from UE
and reflected by RIS (the feasibility of this step has been discussed in the aforementioned
section, which will not be repeated in the following). According to the angle reciprocity of

FDD systems, downlink PAI is equivalent to being acquired at BS.

*We follow the common assumption in channel feedback that the scalar ||z|| (i.e. the magnitude of z) can be fed back perfectly,

thereby the more challenging feedback of the vector z (i.e. the direction of z) is focused in this study [34].
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Fig. 1. Overall strategy and steps of the proposed path selection based feedback reduction and beamforming design scheme.

o Step 2 (Path selection): BS selects several dominant paths according to the proposed path
selection strategy, during which alternating optimization of active and passive beamformers
is performed to make sure that the selected dominant paths contribute to the maximization
of spectral efficiency R.

o Step 3 (DPGI estimation and feedback): Downlink pilot signals are transmitted at BS and
reflected by RIS with jointly designed active and passive beamforming vectors for DPGI
estimation. By performing the proposed feedback scheme at UE, BS obtains the quantized
downlink DPGI.

o Step 4 (Beamformers update): The active and passive beamformers for downlink data
transmission will be updated alternatively based on the fed back DPGI to further improve

the spectral efficiency R.

The corresponding steps involved will be discussed in detail as follows.

A. Path Selection

In this subsection, we discuss the proposed dominating path selection strategy.

1) Problem Formulation:



According to , the spectral efficiency R can be improved by maximizing K [’thtﬂ.
Thus, we begin with rewriting the cascaded channel vector h € CV2*! in as

h=Ag", (14)
where g = B ® a € CF*! is the cascaded PGI. The matrix A can be expressed as
A =[aj,ay,...,a;] € CNBxL (15)

a; = Bjyp* € CM, (16)

Ny N2
B, =/ %aapagw diag (agu,,) € CNe* e (17)

for [ = 1,2,..., L. The index [ of cascaded paths is given by | = (¢ — 1)Lgg + p for p =
1,2,...,Lggand ¢ =1,2,..., Lryu.

Initially, all the L paths are in the selected set. Then, the path with minimal contribution to R
is removed sequentially until the number of remaining paths reaches the pre-defined number of
dominant paths. In this iterative process, we denote Ls and A C {1,2,..., L} as the number of
remaining dominant paths and the set of corresponding indices satisfying |Ag| = Ls, where the
indices in {A;} are arranged in an ascending order. Similarly, the number of removed paths and
the set of corresponding indices are denoted as L, and A, C {1,2,..., L}, where L, = L — L,
|A;| = L., and the indices in {A,} are also arranged in an ascending order. Thus, the cascaded

channel in (I4) can be decomposed as
h=A.gl + Ag;, (18)

where g, = [gs1, 2, - - -5 s..] € C**Vand g = [gp1, Gr2, - - - gr.r,] - € CL=1 are the vectors
composed of the corresponding elements in g according to A, and A,, and g, € C*=*! is denoted
as the so-called DPGI in the following. Similarly, according to Ag and A,, the sub-matrices
composed of the corresponding column vectors in A are expressed as Ag = [as1,as2,-..,8s1.] €
CNexls and A, = [a,1,a,9,...,a,1,] € C’2*Ir Here we decompose the active beamformer

f, € CV»*! into the product of two parts [25], [26]:
fi = Vg, (19)

where V € CVs*Ls s the active beamforming matrix to be optimized.

Lemma 1: By substituting and into the objective function E [‘thtﬂ’ we have

E |[06]°] = (4 - 2Q) ||diag (AFV) " + Q[tx(AMV)[” + QAIVE + Q|[AFV]. 20)



where () = % is defined for notational simplicity.
Proof: See Appendix A. [ ]

In the process of path selection, the index of the path with minimal contribution to R is
removed from {A;} sequentially, and the active and passive beamformers need to be optimized.

Based on the above derivations, the initial optimization problem is expressed as

: R, st |Ay| = L, |VE' > = 1, ¢ = 1n. 51, 21
P (max R, s |As] Vel Y| = Lngxa 21

where the second constraint in is due to the power constraint ||f;]|* = ||Vg*||* = 1. For a

given A, the initial optimization problem P; can be simplified as

2 2
Po: max E[[06[°] st VI =1 1) = Ly, (22)

where the first constraint in is adopted instead of the second constraint in because g
(DPGI) has not been acquired at BS during the process of path selection Due to the two types
of constraints in V and 1) cannot be optimized jointly, and thus we employ the alternating
optimization of the active and passive beamformers.

2) Active Beamforming Design:

We first consider the design of active beamforming matrix V with fixed Ag and 1), which can
be given by

Py : maxE []thﬂ st V]2 =1 (23)
{v}

On the basis of (20), the objective function of (23)) can be equivalently rewritten as

E |[0"6]*] = v, (24)

where v = vec(V) € CNBLsx1 s the vectorization of active beamforming matrix V, and J, €

(CNBLSXNBLS iS
Jact = (4 — 2Q) diag (as,1a§71, as72a§2, . ,aS,LSaSLS) + Q vec (Ag) (vec (As))H
+Q (I, @ AN (I, @ AM) + Q (1, © A" (1, ® AlT) | (25)

*We note that this approximation scales the contributions to F [}hH f; |2] (the components related to each path in E [|hH fi |2]

[ve: |*
VIE

are separated and formulated in as below) of all the remaining dominant paths with a same proportion so it will

not result in performance degradation for the path selection.



where the following properties are used

Hdiag (A?V) H2 = v diag (as,lagl, as,gagg, . ,aS7LSa§’LS) v, (26)
|tr(A'V) !2 = vilvec (Ay) (vee (A v, (27)
ATV = v (1, © AN (1, @ Al v, (28)

)
ATV = v (1, @ AT (1, @ AT) v, (29)

Therefore, based on the formulation of (24), the optimal solution V* of Ps is given by [26]

1 .
V* = invec (Wact maz) € CNexLs, (30)
|| uact,max H
where et mae € CVBL=*1 is the eigenvector corresponding to the largest eigenvalue of J .

3) Passive Beamforming Design:
After the optimization of the active beamforming matrix V. We design the passive beamform-

ing vector @ with fixed A; and V. The optimization problem is formulated as

Py n{nf}xE[]tht‘Q}, st || = Lygxi. 31)

According to and (17), by defining B,;, € CV»*** and B,,; € C"o*M& corresponding to

the selected Ly dominant paths and the removed L, paths, respectively, we have
ay,, = By " € C"* for [, =1,2,..., L, (32)
a,, =B,y e CV forl, =1,2,...,L,. (33)
Then, the objective function in (31 can be rewritten as
E |[0")"] = 9" Tyt (34)

The intermediate variable J . € CVr*N= ig given by

Lg Lg Ls
Jpass - (4 - 2@) Z B:ZSVZVZB;ZS + Q <Z Bglsvi;) (Z VEB:7ZS>

ls=1 ls=1 ls=1

L L Ly L
+Q (Z BsT,lsTsT,ls> (Z T;JSB:JS> +Q (Z BrT,er;F,zr> (Z T:,erj,zr> , (35)

ls=1 Is=1 =1 =1

where we define
Y. =1, @ VI =Y., Yoo, ..., Yo ] € CHXNole with Y, € CH*No, (36)

Y, =1, @V = [Y,1, Y1o,..., o] € CllrVebe with 1, € ClelrVe - (37)



In addition, the properties

Ls
|diag (ABV)||? = " (Z BT, v vgB:,ls) ¥, (38)

ls=1

(A V)| (ZleS )(ZVZ szs) (39)
vz = (Soen, ) (Svem, ) v )

ls=1 ls=1

Ly L,
ARV (ZBM&) (Z Y1, B: ) )

=1 L
are used here. Then, P, is equivalently re-expressed as

Py f{nij?f(i/J), st || = g, (42)

where the objective function to be minimized is defined as f (1) = —pHJ pass® [38]]. Considering
the continuous and differentiable properties of f(1)) as well as the non-convex constant modulus
constraints imposed on 1), we employ the manifold optimization theory to solve P, (see [39],
for details).

We begin with defining the complex circle manifold (called Riemannian manifold) formed by
unit modulus constraints in (42) as MX® = {4y : || = 1,1 }. Then, the tangent space for any
given point ¥ on M2A® is expressed as Ty MR = {z: R{¢p* © z} = Opnyx1}. The classical
conjugate gradient descent method can be used for the manifold optimization by projecting the
gradient in the Euclidean space onto the Riemannian space [27], [39]. Thus, we can express
the Riemannian gradient as grad f(¢) = Vf(¢) — R{Vf(¢) ©¢*} ©® ¢p € CNoxl where
V(@) = =% € C¥»*! denotes the Euclidean gradient and Jy.s is a Hermittian matrix.

The conjugate direction d € CM=*! on the Riemannian manifold is given by
d = —grad f(¢) + 17 (d), (43)
where
Td)=d-R{doy*} 0. (44)
d denotes the previous conjugate direction, and 7; denotes the Polak-Ribiere parameter [39].

Finally, we map the updated point onto the manifold by a retraction operation (i.e. an operation

to move along the conjugate direction d while staying on the manifold) given by

d?%— df+7§d

bl 45
|¢f+7§d” ( )



where the step size 7, can be found through Armijo backtracking line search [[39]]. The overall
algorithm is summarized as Algorithm 1, and the convergence of the proposed algorithm is

guaranteed according to Theorem 4.3.1 in [39].
Algorithm 1: Manifold Optimization for Solving Pj.
Input: J,.. and initial point .

1 Initialization: Index of iterations i < 0; ¥(©) = 1p; d© = — grad f(p(?)

2 repeat

3 Compute the Armijo backtracking line search step size 75 ;

4 | Update the passive beamformer as 1+% by :

5 Compute the Riemannian gradient at zp(”l), the Polak-Ribiere parameter 71, and the
transpose from () to Y ;

6 Update the conjugate direction as d“*') according to 1b ;

7 1141

s until | f(p)) — f(4p@)| converges;

Output: 1+
4) Proposed Path Selection Algorithm:

After solving the alternating optimization of active and passive beamformers, we perform the
path selection. In the proposed path selection strategy, to maximize the achievable downlink
spectral efficiency I?, the path with minimal contribution to 1 is removed sequentially. Specifi-
cally, according to for [y =1,2,..., Ls, the component related to the /;-th path is separated
from E “thtﬂ and defined as ((/s), which is given by

C(l) = (4— 2@)v2a5755a5lsvls +Q (vgasvlsaglsvls + 2R

Ls
H H
§ : Vls asals as,ivi
1#£ls

2

+Q||Alv, “1Q |Afv,,

(46)



The overall path selection algorithm is summarized in Algorithm 2.

Algorithm 2: Proposed Path Selection Algorithm.
Input: B; € C¥o*Me for [ = 1,..., L in (17), Lgg, and Lgy.

Initialization: As = {1,2,...,L}; ¥ = In, 1

o

2 repeat

3 repeat

4 Compute A, Ag, and A, according to Ag, ¢, and B, for [ =1,..., L (see
(13)-[7)) ;

5 Optimize V with fixed 2 by solving Pj ;

6 Optimize v with fixed V by solving P, according to Algorithm 1 ;

7 until the objective value of E [‘thtﬂ in P, converges;

8 Find the path index denoted as /; with minimal ¢ (/) by |@i for [y € {1,2,..., Ly} ;

9 Update {A,} by removing its /;-th element ;

10 Ly+— Ls—1;

11 until L reaches the pre-given number of dominant paths;

Output: A

B. DPGI Estimation and Feedback

Once the path selection is finished, we perform the acquisition of g, € Cl+*! (downlink
DPGI) at BS. For t = 1,2,..., L, pilot symbol denoted as s(¢) is sent at BS within L time
slots. Then, based on (I0), the signal received at UE in the ¢-th time slot is given by

2
(t) = | PPN AR g (45(1)) Av ding (@) ABE(Ds(1) +n(0), @)

where P, is the transmitting power for DPGI estimation, n(t) ~ CN (0,02) is the complex
Gaussian noise with noise power 2. In addition, f,() € CVs*! satisfying ||f.(t)||> = 1 represents
the active beamforming vector for DPGI estimation (different from the f; defined in for data
transmission), and ¥ (¢) denotes the passive beamforming vector in the ¢-th time slot for DPGI
estimation satisfying |4 ()| = 1y, x1. The performance of DPGI estimation can be improved by

jointly designing the active and passive beamformers. By assuming s(t) = 1, fort = 1,2,..., L,



the received signal y(t) in {@7) is re-expressed as

2 ~ ~
(1) = \| TPy (1) A dina(g) ABE (1) + (1) (48)

P.Ny N2 . .
=R (87 0As) © (v (DAR) ) g + () (49)
= k" (t)g + n(t) (50)
L
= fan, Mo, +| D mbg+nt) |, (51)
To be maximized 1#As,1 ,

Equivalent noise

where (48) is obtained by defining
Ag = [ap1,8py,...,ap ] € CVo*L with ag; = ag,, € CV&x!, (52)
AR = [ap1,8Ra,..., a5 ] € CV*L with ap; = diag (afy,) ars, € CV0 (53)

for the path index [ = (¢ — 1)Lgp +p, p=1,2,...,Lgg and ¢ = 1,2,..., Lgy. Besides,

follows from the property of Hadamard product, and k(t) is defined as

(1) = bia(0)mal0) - a0 = TR (70A3) © (6T 0A)) e e o9

in (50) to simplify the expression. The strategy of DPGI estimation can be explained via
(51). Specifically, for the selected L, dominant paths, the corresponding active and passive
beamforming vectors are jointly optimized in each time slot ¢ = 1,2, ..., L, to maximize xy_, (),
where ), denotes the ¢-th element in set Ay = {As1,As2,...,Asr.}. Then, the component
corresponding to the ¢-th dominant path in denoted as k), (t)g»,, is maximized, and the
rest components are considered as the equivalent noise.

Based on , the maximization of ) () is equivalent to the maximization of the A ;-th
element in row vector f1(t)A% € C'* and the maximization of the ), ,-th element in row vector
T (t)Ag € C'*L. Therefore, the optimal solutions of jointly designed active beamformer f,(t)

and passive beamformer 1) (t) are given, respectively, by

£,(t) = % — ap..,, (55)
[ |
AR A, .

’l,b(t) = == — = NRaRM\S’t? (56)




where we have HéB, Aot H =1land |a}, | = NLRl Ngrx1 according to their definitions. The power

constraint and the constant modulus constraint are satisfied in (55) and (56)), respectively. By

substituting (55)) and (56) into (54), we obtain

P.NyN2 N i P.NpN2
in (1) = | = (Dag, T (Dan s, =\ = (57)

We further have y = [y(1),y(2),...,y(Ls)]T € C*=*! by concatenating L, successive receiving
signals. According to and (57), the estimate of downlink DPGI at the UE is given by

| L
As — . (cLsXI' 58

Then, the RVQ codebook is adopted i.e., Cryq = [c1,C2, ..., Co5] € CL=*2" with B bits for the
uplink feedback of g, € C**!. By normalizing the estimated DPGI as g, = ||§_Z|| € CE>! and
choosing a corresponding feedback codeword i according to , the quantized downlink DPGI

acquired at BS is expressed as

g = ||g5HC2' (59)

C. Beamformers Update

Though the active beamforming matrix V and passive beamforming vector 1 for downlink
data transmission are designed during path selection, it should be noted that the expression of
E Dthtﬂ in is obtained based on the statistical information of g € CF*!, and the first
constraint in (22) is approximated from the original power constraint in (21]) for path selection.
In this subsection, to further improve the spectral efficiency, we update the passive beamformer
1 and the active beamformer f; by exploiting the quantized DPGI QSE]

1) Problem Formulation:

After performing the proposed path selection algorithm together with DPGI estimation and
feedback scheme, the index set of selected dominant paths {A;} and the quantized DPGI g €

CEs*1 are acquired at BS. Then, we further update the optimization problem based on P; as

Ps: maxE [\thtf] st IEIP =1, 9] = Ly, (60)

and alternating optimization is carried out between the update of f; and 1) as below.

5Since the quantized downlink DPGI can be used for active and passive beamformers update, here we can adopt the direct

optimizition of f; instead of the indirect optimization of f; by solving V according to f; = Vg as defined in .



2) Active Beamformer Update:

On the basis of P, the optimization of f; with fixed 1) is formulated as

Py maxE Uthﬂ, st ||&]? = 1. 61)

Lemma 2: We can further re-express E [!thtﬂ in as

2

E|[6["] = [[AME|” + [T ARE|, (62)

where g is kept because BS has obtained its quantized estimate g, and g, is removed in the final
expression of expectation by using the statistical information of g,, which makes (62) different
from (20) obtained in Lemma 1.

Proof: See Appendix B. [ |

The objective function in (62)) is further expressed as
E [\thﬂ — £, f;, (63)
where J act 18 expressed as
Joet = ALAT + A grgTAR € CVx e, (64)
Then, we obtain the optimal solution f;* of Pg as

fr— Joctmaz o oNpx1 (65)

||uact,max ||

where et oz € CVB*Ee

Jact-

denotes the eigenvector corresponding to the largest eigenvalue of

3) Passive Beamformer Update:

On the basis of P, the optimization of 1) with fixed f; can be formulated as

Pr: rgpn}aﬂw, st || = Ly, (66)

where f(1p) = —E [‘thtﬂ' Furthermore, based on || we have f(1p) = —9p"T .1, where

Ly Ly Ls Lg
Fp (z B) (z B) . (z ) (ZB) e Chn, (@)

=1 =1 ls=1 ls=1

The intermediate variables I', and =, are defined as
I, =1, @f'=[[,,,T.y,...,T,z] € Ct Vol with T, € Cl Vs, (68)

T .
Yo =8 ®Ff = [v1, 7, ] € CVBEX with € CVBX! (69)



forl,=1,2,..., L, and [y =1,2,..., L. Besides, the properties

L L
HA?ftW =" <Z BEJIEA) (Z F:,erf,zr> P, (70)

=1 =1

Lg Lg
g ALF | = (Z BST,ZJ;",ZS> (Z v;FlsB;ilS> ¥ (71)
ls=1 ls=1

are used here. By replacing f(v)) in with (1)) in , the Riemannian manifold optimiza-
tion summarized in Algorithm 1 can be used to solve Pz, using which the passive beamformer
1 is updated [27]], [39].

4) Proposed Alternating Optimization Algorithm:

The overall alternating optimization algorithm is summarized in Algorithm 3.

Algorithm 3: Proposed Alternating Optimization for Solving Ps.
Input: B, € CVe*™= for [ = 1,..., L in (17), {As}, and &,.

1 Initialization: ¥ = 1y, 1

2 repeat
3 Compute A, A, and A, according to A, v, and B, for [ = 1,..., L (see (13)-(17)) ;
4 Update f; with fixed @) by solving P ;

wn

Update v» with fixed f; by solving P; according to Algorithm 1 ;
¢ until the objective value of E Utht H in P5 converges;

Output: The updated active beamformer f; and passive beamformer )

IV. SIMULATION RESULTS

In this section, we evaluate the performance of proposed algorithms. In our simulations, we
consider a FDD RIS-assisted mmWave wireless communication system, where BS is equipped
with Ng = Np, X Ny, = 4 x 4 antennas and UE is equipped with single antenna. Besides, an
RIS is equipped with Ng = Nr, X N = 16 x 16 reflecting elements. We adopt the channel
model and signal model in (I0) and (II) with Lgg = 2, Lgy = 3, and o, = 1, where the
AoAs/AoDs are assumed to be uniformly distributed in (0, 7]. In this paper, we define two types
of signal-to-noise ratio (SNR) [27]. The pilot-to-noise ratio (PNR) is defined as 10log,, (P./0?),
where P, denotes the transmitting power for DPGI estimation in (7). Similarly, the data-to-noise
ratio (DNR) is defined as 10log;, (P;/c?), where P, represents the transmitting power for data
transmission in (TI]). All results are obtained over 1,000 randomly generated realizations to avoid

overfitting to special scenarios.
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A. Performance of DPGI Estimation and Feedback

In this subsection, the proposed DPGI estimation and feedback scheme are compared with
several estimators based on existing schemes. To the best of our knowledge, no existing literature
provides any scheme for the estimation of DPGI g, € CZ*! (rather than the whole PGI g €
CL*1) based on the known PAI in RIS-assisted systems. Therefore, in order to form effective
comparisons, we not only provide simulation results of the proposed scheme with Ls < L, but
also consider the scenario of Ly = L, where all the cascaded paths are used for the dominant
paths, and simulation results of extending our proposed scheme to estimate the whole PGI
g € CI*! are provided. The Oracle LS estimator in [21]] and the MMSE estimator in [35]] are
used for the estimation of PGI g € CE*! to form effective comparisons with the proposed DPGI
estimation and feedback scheme when L, = L = 6.

Here we provide the processes of Oracle LS estimator and MMSE estimator as follows.
Based on the signal model in {#8), downlink pilot signals are sent from BS within 7" successive
time slots, where s(t) = 1 for ¢t = 1,2,...,T. The signal received at UE is given by y(t) =
dT(t)g + n(t), where we define

d(t) = [d(), do(t), ... dy ()] = \/%BNPZ‘ (HE (sz(t)AR))T e Cll (1)

Different from the (t) defined in (54), here we additionally define d(t) because the active
beamforming vector f.(¢) and the passive beamforming vector t(t) used in Oracle LS estimator
and MMSE estimator are randomly generated. By concatenating the signals within 7" time slots,
we have y = DTg+n, wherey = [y(1),y(2),...,y(T)]* € C™*1, D = [d(1),d(2),...,d(T)] €
CHT  and n = [n(1),n(2),...,n(T)]T € C*™!'. We note that BS estimates PAI through the
uplink pilot signals (which has been discussed in Subsection , but the matrices Ag and
Ay defined in containing PAI are unavailable at UE. Therefore, the matrix D is also not
available at UE according to . For this reason, UE cannot estimate the PGI directly, and
hence the received signals y needs to be fed back in uplink and the PGI estimation is performed
at BS, where 7' (the number of pilot signals) must be greater than or equal to L (the length of
PGI) to avoid under-determination estimations [35]]. Then, the RVQ codebook defined in is
used for the uplink feedback of y, and Oracle LS estimator and MMSE estimator are performed
at BS by exploiting the quantized vector of received signals (denoted as y), which are given by

gLS e (D*DT)_lD*S’ e C*! and gMMSE = D*(DTD* + O'gIT)_ly e Ctx1 211, [135]], [40].
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—————— Oracle LS Estimator
—— MMSE Estimator
— = = Proposed Estimator

NMSE

PNR (dB)

Fig. 2. NMSE performance against PNR when Ng = Ng v X Ngn» = 4%x4, NR = Nr,v X Nr,h» = 16% 16, L = Lrs X Lru =
2 x 3.

To evaluate the accuracy of DPGI/PGI estimation, the normalized mean square errors (NM-
SEs) against PNR are shown in Fig. 2] For the scenario of Ly < L, NMSE is expressed as
101log,o (E[||g&s — gslI*/llgs]|?]), where g, € CL=*1 denotes the quantized downlink DPGI ac-
quired at BS in (59). For the scenario of Ly = L, NMSE is given by 101log,, (E [||&s — g|/*/|Ig]*]).
In addition, the NMSEs of Oracle LS estimator and MMSE estimator are respectively expressed
as 10log;o (E[llges — glI°/lIglI’]) and 10logyo (E [[|gamse — gl*/lIl*]) [281f]

It can be observed from Fig. 2] that the proposed DPGI/PGI scheme performs significantly
better than the conventional schemes at relatively low PNR (-15dB ~ 0dB). Compared with
the proposed scheme which requires only 7" = Lg pilot signals, much more pilot signals are
required for both Oracle LS estimator and MMSE estimator to achieve a comparable accuracy
of estimation. Besides, the equivalent noise of proposed scheme in (51 is composed of two
paLrts, which are the channel noise n(¢) and interference from other (L — 1) paths denoted as

> Ki(t)g;. The estimation accuracy of proposed scheme is mainly affected by the channel
I#Xs ¢

®Different from our proposed estimator, UE side cannot perform the PGI/DPGI estimation for Oracle LS estimator and MMSE
estimator because PAI is not available at UE, which means that the gains of different paths cannot be obtained and separated at
UE. Therefore, received signal vector y € C**! has to be fed back in uplink and the whole PGI (i.e. gains of all L cascaded
paths) will be estimated at BS.
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Fig. 3. NMSE performance against number of feedback bits B when Ng = Ny X Npn = 4x4, Nr = Nr,v X Nr,n = 16X 16,
L:LRBXLRU=2X3,PNRIOdB.

noise at first, so NMSE decreases slowly with PNR in the interval -15dB to -5dB. Then, the
interference of other paths dominates the equivalent noise around when PNR > -5dB, so the
NMSE curves of proposed estimator tend to be stable. In addition, the NMSE performance
of MMSE estimator is better than that of Oracle LS estimator, so we will only adopt MMSE
estimator (with 7' = 24) in the following simulations.

Fig. |3 shows the NMSE performance against the number of feedback bits B when PNR = 0
dB. The solid lines refer to the case using perfect feedback (B — o0) and dashed lines refer
to the case with limited feedback. In terms of the NMSE performance, the proposed estimator
outperforms MMSE estimator with limited B for two main reasons detailed below. On the one
hand, the minimal achievable NMSE of proposed estimator (corresponding to solid lines when
B — 00) is lower than that of MMSE estimator. On the other hand, the pilot length of proposed
estimator (i.e. 7', equal to the length of feedback vector) is smaller, so the inevitable quantization
error caused by RVQ feedback of proposed estimator is smaller than that of MMSE estimator
with fixed B, which also explains why the achievable NMSE with 7' = L, = 4 is lower than
the achievable NMSE with 7' = L = 6 for limited feedback scenario.
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B. Performance of Path Selection and Beamforming

In this subsection, we compare the proposed path selection and beamforming scheme with
conventional beamforming schemes. To form an effective comparison, the alternating optimiza-
tion proposed in [7] is also simulated, which can be used for the design of active beamformer
f; and passive beamformer 1. Specifically, by defining
NpN3

L
according to , the cascaded channel is re-expressed as h'l = ¢TH € C'*"5 and the objective

H = Ag diag(g)All € CNrxNs (73)

function E Dthtﬂ is transformed into [E [MTHft}Q]. Then, active beamformer f; and passive
beamformer 1) are alternatively optimized by f, = Hgi—iﬂ € CNex1and op = Efe ¢ CNrx1 ypgi]

[FIf¢|
| THE, |

converges [7]. For the case where the whole PGI (i.e. g € C*!) can be obtained, the
quantized estimate of g € CZ*! can be brought into for subsequent alternating optimizations.
In addition, for the case of T' = Ly < L, a scheme named ‘Beamforming in [7] with Partial
Random PGI’ is also provided to form an effective comparison with our proposed DPGI-based
design of active beamformer and passive beamformer. Specifically, for the PGI (i.e. g € CL*1)
brought into (73), we assign the elements corresponding to selected dominant paths in g € CF*!
to the value of quantized downlink DPGI g, € C**! in (59), and the remaining elements in
g € CL*! with dimension of L, x 1 are assigned to random values. Then, the alternating iteration
proposed in [7] is adopted for subsequent active and passive beamforming design.

Spectral efficiency R for downlink data transmission against the number of dominant paths
Lg is shown in Fig. 4, where the ideal estimation and perfect feedback of DPGI are temporarily
assumed here (i.e. the accurate DPGI is available at BS, and the scenario of non-ideal estimation
and limited feedback is considered in the following simulations). We observe that although the
achievable R of our proposed path selection (denoted as ‘Selected Paths’) is smaller than that of
optimal path selection (obtained by exhaustive search, denoted as ‘Optimal Paths’), it is better
than that of random path selection (denoted as ‘Random Paths’). In addition, when dominant
paths are selected according to our proposed scheme, compared with the beamforming in [[7] with
partial random PGI, our proposed scheme in Subsection [lII-C| achieves higher spectral efficiency
R.

As shown in Fig. [5] when the quantized estimate of PGI is used for the beamforming design
proposed in [[7] (corresponding to lines with 7' = L = 6 and 7" = 24), higher spectral efficiency

R can be achieved by adopting our proposed estimator rather than adopting MMSE estimator
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Fig. 4. Spectral efficiency R for downlink data transmission against number of dominant paths Ls when Ng = Npv X N,n =

4><4,NR:NR,\,XNRYh:16><16,L:LRBXLRU=2><3.
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Fig. 5. Spectral efficiency R for downlink data transmission against number of feedback bits B when Ng = N v XN 1 = 4 x4,
NR = NR,V X NR,h =16 x 16, L= LRB X LRU =2 X 3, PNR = —15 dB, DNR = 0 dB.

because of advantages of our proposed estimator in terms of estimation accuracy and feedback
length. Besides, when the quantized estimate of DPGI is used for our proposed beamforming
scheme (corresponding to lines with 7' = Ly = 5 and T' = Lg = 4), although there is a certain

performance loss in achievable spectral efficiency R compared with aforementioned scheme
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Fig. 6. Spectral efficiency R for downlink data transmission against DNR when Ng = Ny X Ngh = 4 X 4, Nr =
Nr,v X Nrhn =16 x 16, L = Lgs X Lry =2 x 3, Ls = 4, PNR = —15 dB.

using the whole PGI (corresponding to line with 7" = L = 6), higher spectral efficiency 2 can
be achieved around when B < 4. This is because when the number of feedback bits B is fixed,
the accuracy of DPGI fed back to the BS increases with the decrease of feedback length T,
which further leads to a corresponding increase of spectral efficiency R. Hence, the significance
and superiority of our proposed path selection strategy are effectively demonstrated.

All the achievable spectral efficiency R under different settings increases exponentially with
DNR as shown in Fig. [6] For the scenario where the whole PGI is exploited, the maximum
R can be achieved when perfect PGI (ideal PGI estimation and perfect feedback) is used for
beamforming proposed in [7]]. In this case, the spectral efficiency gap can be controlled within 0.3
bps/Hz by exploiting our proposed estimator and a 16-bit RVQ codebook (corresponding to line
with 7' = L = 6). Besides, by exploiting our proposed path selection and beamforming scheme,
the maximum R is achieved with perfect DPGI (ideal DPGI estimation and perfect feedback). In
this case, by adopting our proposed estimator and a 8-bit RVQ codebook (corresponding to line
with T' = Ly = 4), the spectral efficiency gap is also controlled within 0.3 bps/Hz. In addition,
it can be seen that the spectral efficiency performance of our proposed estimator is much better

than the spectral efficiency performance of the conventional MMSE estimator.
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V. CONCLUSIONS

In this paper, a path selection based feedback reduction and partial CSI-based beamforming
scheme was proposed for the FDD RIS-assisted systems. Specifically, downlink PAI was first
acquired at BS via the angle reciprocity. Then, we proposed a path selection strategy by removing
the path with minimal contribution to spectral efficiency sequentially, during which the active
and passive beamformers are alternatively optimized. Moreover, a DPGI estimation and feedback
scheme is proposed, where both the length of downlink pilot signals and feedback vector are
reduced to the number of selected dominant paths. Finally, the spectral efficiency of downlink
data transmission is further improved by updating the active and passive beamformers based
on the quantized estimate of DPGI. From the numerical experiments, we could observe the
performance gain of proposed algorithms over the conventional schemes. More relevant cases
may be further considered in the future work, e.g. the UE equipped with multiple antennas and

the multi-user case in FDD RIS-assisted communication systems.

APPENDIX A

PROOF OF LEMMA 1

According to the channel decomposition in (I8), the objective function in (20) can be given

by [25]

E [\thﬂ —E[|gf ARV + gTAFVE! 2] (74)
—E ||gFAl"Vg; 2] +E UgsT Al'Vg! 2} (75)
—E ||gfW.g: 2} +E [ g W.g! 2} , (76)

where is derived according to E [gig!] = 0r,.z,, since E [g2,0:;] = E [0} amfB,] =
E [a;am] E [B;Bn} =0forVi=(¢q—1)Lgg+p € A; and Vj = (n—1)Lrg +m € A, satisfying
{p,q} # {m,n}. Besides, W, = AV € CE*Ls and W, = AV € CI+*Ls are defined in (76)
for simplicity. Here we respectively redefine variables ¢ and j corresponding to values of the /;-th
element and the [;-th element in Ay, where 1 <+¢,57 < L, 1 </[;,l; < L. Variables 7 and j also

denote the indices of selected dominant cascaded paths, where we assume i = (¢ — 1)Lgrp + p
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and j = (n — 1)Lgg + m. The first term in is further given by [23]

[\gs W.g! ] ZZWZ l]gslgsl =21 Witigag,| | (7
lLi=11;=1 i€As i#j
2 2
+E | > Whlgg, (78)
i€As i#j
sl| +Z W) "W le[|gsl| {gsl‘]
1€As i)
+ > WP | I, (79)
1#]

where is due to E [gs7lig:7lj] = 0 for V [; # l;. Then, we have

E[lg5 )] = E [lopl' E[18,1] = ((E [lop"])* +D [lapT) (& [87)" + D [18,])
=(12+1) x (12 +1) =4, (80)
and
E| '] = E [l 18,17 18] 81)
where

s o | Eflep] = B[] + D[] = 124+1=2, forp=m
E [|op|” o |"] = :

E Uapﬂ E [|am\2} =1x1=1, for p #£m
E ﬁq4 = (E ﬁqQ Z‘HD qu :12+1:27 f =

e | = JE0T = ELAF D =
E [|ﬁqﬂ E Uﬁnﬂ =1x1=1, for ¢ #n

For a given cascaded path index i = (¢ — 1)Lgrp + p with a combination {p, ¢}, the remaining
(L — 1) optional indices of j = (n — 1)Lgp + m with a combination {m,n} can be divided into
three types: i) The number of optional indices satisfying (p # m)N(q = n) is equal to (Lgrg — 1);
ii) The number of optional indices satisfying (p = m) N (¢ # n) is equal to (Lgy — 1); iii) The
number of optional indices satisfying (p # m) N (¢ # n) is equal to (L — Lgg — Lry + 1).
Therefore, based on (82), the closed-form expression of (81I)) is given by

(LRB 1)+2(LRU 1) (L_LRB_LRU+1)_L+LRB+LRU_3

E [l | 164/°18a/"] = w1l Ltlwl

. (83)
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By substituting and into (79), we get

L L L
B [Ja W] = 430 [WEH QY (WH) WY 4@ 3 (Wit
ls=1 Li#l; Li#l;
= (4 - 2Q) [|diag (W) [I* + Q| tr(W)[* + QI[W.|I5, (84)
where we define () = % Similarly, the second term in li is calculated as
E[lgwe:|] = QZZ bl = QW2 (85)

l:=11s=1

Finally, the expression of E Utht}2] in Lemma 1 is obtained by combining li and .

APPENDIX B

PROOF OF LEMMA 2

For a given g, € C/*!, the following equalities hold [25]], [41]

B [In%7] B [Ja7 ATR["] + AT ®)
— E[f'A.g gT AT ] + [T ATF, | (87)
= f1AE [grg] ATf, + |gTATE |, (88)

where (86) is derived according to the channel decomposition in (I8). Here we redefine variables

i=(q—1)Lrg+p € A, and j = (n — 1)Lgg + m € A,. Then, we have

L b _
B (g 0] = B [atan] E[56,] = 4 ori=j,{p.q} {m,n}7 &9)

0, fori=#j{p,q} # {m,n}

and further we get E [g7g!| = I,,. Finally, the objective function in can be formulated as
E |[06]°] = £A AN, + [sf AT | = [|ARE]|" + [gF ATE[”. (90)

Thus proof is completed.
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