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Abstract

Millimeter wave (mmWave) full-duplex (FD) is a promising technique for improving capacity

by maximizing the utilization of both time and the rich mmWave frequency resources. Still, it has

restrictions due to FD self-interference (SI) and mmWave’s limited coverage. Therefore, this study

dives into FD mmWave MIMO with the assistance of reconfigurable intelligent surfaces (RIS) for

capacity improvement. First, we demonstrate the angular-domain reciprocity of FD antenna arrays

under the far-field planar wavefront assumption. Accordingly, a strategy for joint downlink-uplink

(DL-UL) channel estimation is presented. For estimating the SI channel, the direct channel, and the

cascaded channel, the Khatri-Rao product-based compressive sensing (KR-CS), distributed CS (D-

CS), and two-stage multiple measurement vector-based D-CS (M-D-CS) frameworks are proposed,

respectively. Additionally, we propose a passive beamforming optimization solution based on the angular-

domain cascaded channel. With hybrid beamforming architectures, a novel hybrid weighted minimum

mean squared error method for SI cancellation (H-WMMSE-SIC) is proposed. Simulations have revealed

that joint DL-UL processing significantly improves estimation performance in comparison to separate

DL/UL channel estimation. Particularly, when the interference-to-noise ratio is less than 35 dB, our

proposed H-WMMSE-SIC offers spectral efficiency performance comparable to fully-digital WMMSE-

SIC. Finally, the computational complexity is analyzed for our proposed methods.
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Index Terms

Full-duplex, millimeter wave, reconfigurable intelligent surface, channel estimation, beamforming.

I. INTRODUCTION

To meet the exponential expansion of wireless data demand, high frequency technologies with

abundant bandwidth have become indispensable. Besides, the full-duplex (FD) technique, capable

of doubling the spectral efficiency (SE) and lowering latency by simultaneously transmitting and

receiving data on the same frequency band, has been widely investigated over these years. With

rich frequency resources of millimeter wave (mmWave) bands, FD has the potential to bring a

significant SE improvement for mmWave communications to support various high-rate services.

Recently, FD has brought new opportunities for a variety of applications, e.g., wireless power

transfer [1], device-to-device systems [2], and integrated access and backhaul [3]. Despite the

fact that FD offers a substantial advantage over half-duplex (HD), it is prone to self-interference

(SI) due to the simultaneous transmission and reception of the transceiver (TRX). This requires

advanced SI cancellation (SIC) techniques to overcome the drawback.

Till now, SIC has been developed from different levels. Taken as a whole, SI can be suppressed

by passive SIC approaches [4], [5], analog/digital circuit design [6], [7], and beamforming [3],

[8]–[13]. First, passive SIC approaches suppress SI in antenna-/propagation-domain, such as an-

tenna isolation. There are two main functions served by analog SIC: 1) eliminating imperfections

from the transmit RF chain, and 2) avoiding analog saturation on the receiver (RX) end. After

analog SIC, the goal of digital SIC is to reduce any remaining SI, which may include both

linear and large nonlinear factors. For mmWave systems with massive antennas, analog SIC is

not preferred since each transmit/receive antenna is equipped with a power amplifier/low noise

amplifier. This will incur a large complexity for analog SIC. As the number of RF chains stays

low with mmWave hybrid beamforming architectures, digital SIC stands as a viable option.

Moreover, beamforming is a significant technique that exploits the multi-antenna spatial char-

acteristic for SIC without any additional analog circuitry. In this sense, beamforming aims to

maximize spatial multiplex gain while suppressing SI, such as null-space projection and minimum

mean-squared error (MMSE) filters [8], [9], and interference nulling [10]. On the other hand,

beamforming-based SIC for mmWave FD is different from that for sub-6G FD due to the hybrid

analog and digital beamforming design [14], [15]. With the hybrid beamforming architecture, the

authors in [11] designed optimal analog beamforming for SIC but brought much performance
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loss due to the projection error onto the subspace of the modulus-1 constraint. In [12], [13],

hybrid beamforming with iterative optimization was designed to minimize the SI power and

improve the SE. In [3], hybrid beamforming with the Nyström method for cost-effective low-

rank approximation was proposed for integrated access and backhaul with FD systems.

In addition to the SI problem, FD cannot solve the propagation problem of mmWave itself,

i.e., severe path loss and the easily blocked line-of-sight (LoS) path. Thanks to advancements in

micro-electrical-mechanical systems and programmable metamaterials, reconfigurable intelligent

surfaces (RISs), with their low power consumption, low hardware cost, and reliable ability to

improve channel environments [16], [17], deserve to be introduced into FD mmWave systems

for reliability enhancement. As a promising technique, RIS is well suited for integration with

other technologies, such as mmWave communications [18]–[24], simultaneous wireless infor-

mation and power transfer [25], [26], and age of information [26]–[28], to produce more robust

systems. Particularly, the research on RIS-aided mmWave communications is increasing, with a

focus on channel estimation [18]–[22], and hybrid and passive beamforming [23], [24]. These

studies considered the HD system. The research most relevant to our work, i.e., RIS-aided

FD, was documented in [2], [29]–[32]. Through studying the outage probability, the authors

in [29] demonstrated the superiority of the RIS-aided two-way systems compared to the one-

way counterpart. Reference [30] showed that the RIS in FD systems could suppress the users’

interference since the RIS created effective reflecting paths between the base station (BS) and

users (UEs). In [31], multi-hop RIS-aided FD relay systems were investigated by deriving outage

probability, average SE, and average bit error rate. Moreover, the FD system with the assistance

of simultaneous transmission and reflection-based RIS was investigated in [2].

However, to the best of our knowledge, all these previous work on RIS-aided FD considered

sub-6G, without mmWave hybrid beamforming architectures. Moreover, research on sparse chan-

nel estimation for the FD arrays with spatial correlation is still lacking. Motivated by these gaps,

this work aims to investigate channel estimation, passive beamforming, and hybrid beamforming

for RIS-aided FD mmWave communications. The main contributions are as follows:

• Angular-Domain Reciprocity of FD arrays: A FD TRX is equipped with two antenna arrays,

for respective transmission and reception, such that they are relatively near compared with

a far source/scatter. Thus, some works [1], [2], [32], [33] made the assumption that the

UL and DL channel matrices are reciprocal (for example, HD,2 = HH
D,1 in Fig. 1.). This

is incompletely correct due to the phase difference between the TRX arrays (similar to
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the inter-element phase difference in an antenna array). To account for this, the angular-

domain reciprocity property of FD arrays is demonstrated. We show that, under the same

scattering environment, the TRX arrays generally adhere to the far-field planar wavefront

assumption, and we derive the maximal spacing between TRX arrays when the planar

wavefront assumption holds. Owing to the planar wavefront assumption, the phase difference

between the TRX arrays is a function of the inter-array spacing and reference angles. This

indicates that the TRX arrays can share the reference angle for planar array responses

(PARs).

• Joint DL-UL Channel Estimation: Leveraging on the angular-domain reciprocity property

and channel sparsity, different compressive sensing (CS)-based channel estimation frame-

works are proposed by jointly recovering DL-UL channel parameters. First, for UE’s SI

channel estimation1, we propose a Khatri-Rao product-based CS (KR-CS) framework, which

performs better and is G times faster than Kronecker CS (K-CS) [34], where G is the size

of dictionaries used for TRX arrays’ parameter recovery. Moreover, a distributed CS (D-

CS) framework, with multiple vectors sharing the sparsity but different sensing matrices,

is developed for direct DL-UL channel estimation. For cascaded channel estimation, a

two-stage multiple measurement vector-based D-CS (M-D-CS) framework is proposed for

BS’s and UE’s angle-of-arrival (AoA)/angle-of departure (AoD) estimation. Based on the

cascaded structural sparsity, a parallelizable multiple 1-sparse vector recovery problem

is formulated to estimate RIS’s AoA/AoD. Further, we employ Look Ahead Orthogonal

Match Pursuit (LAOMP) as the basic recovery algorithm to solve the above proposed CS

frameworks. Due to the basis mismatch problem [35] inherent in angle estimation, the

off-gird refinement method is utilized for estimation performance enhancement.

• Passive and Hybrid Beamforming: Due to the large complexity of joint passive and hybrid

beamforming for SIC, we separate them with passive beamforming maximizing the cascaded

channel capacity, and hybrid beamforming maximizing the spatial multiplex gain while

minimizing the SI. For this, by fixing the hybrid precoder and combiner, we demonstrate

that the cascaded SE with respect to (w.r.t.) passive beamforming can be maximized with

the angular-domain cascaded channel. Based on the optimized passive beamforming, the

1Since the BS’s surrounding environment generally keeps fixed, its SI channel can be estimated before access link

establishment. Hence we do not consider BS’s SI channel estimation.
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weighted minimum mean squared error (WMMSE) algorithm that establishes the equiva-

lence between sum-rate functions and the weighted sum-MSE is employed for fully-digital

SIC. Then, hybrid WMMSE for SIC (H-WMMSE-SIC) is proposed by jointly optimizing

the hybrid precoder and combiner. In each iteration, the digital combiner/precoder can be

solved by WMMSE with the analog combiner/percoder fixed, followed by a coordinate

descent (CD) method for analog combiner/percoder optimization.

The rest of this paper is organized as follows. Section II describes the RIS-aided FD communi-

cation scenario, the signal model and the channel model. Particularly, angular-domain reciprocity

for FD arrays is shown. In Section III, different CS frameworks are proposed for joint DL-UL

channel estimation. Section IV proposes angular-domain-based passive beamforming and the

H-WMMSE-SIC method. In Section V, numerical results are carried out to demonstrate the

effectiveness of our proposed methods. Finally, conclusion is made in Section VI.

Notations: (·)∗, (·)T and (·)H denote conjugate, transpose, conjugate transpose, respectively.

‖ · ‖0 and ‖ · ‖2 represent `0 norm and `2 norm, respectively. ‖A‖F denotes the Frobenius norm

of matrix A. Furthermore, •, ⊗, and � are the KR product, the Kronecker product and the

Hadamard product, respectively. [a]i and [A]i,j denote the i-th element of vector a, the (i, j)-

th element of matrix A, respectively. vec(·) represents the vectorization operation. E{·} is the

expectation operator. <{a} denotes the real part of complex a. IM denotes the M -by-M identity

matrix. Moreover, diag(a) is a square diagonal matrix with entries of a on its diagonal. Finally,

CN (a,A) is the complex Gaussian distribution with mean a and covariance matrix A.

II. SYSTEM MODEL

As shown in Fig. 1, we consider a RIS-aided in-band FD mmWave system with a BS (TRX

1) and a UE (TRX 2), where {HD,i}2
i=1 are the direct channels, HT,i,∀i ∈ {1, 2}, is the DL

channel from TRX i to the RIS, HR,i,∀i ∈ {1, 2}, is the UL channel from TRX i to the

RIS. Due to the simultaneous transmission and reception, as well as the in-band frequency

resource reuse in FD systems, the SI is not avoidable. We denote the SI channel of TRX i by

HS,i, ∀i ∈ {1, 2}. Assuming that all antenna arrays of the BS, UE, and RIS are equipped with

uniform planar arrays (UPAs). N1 , N z
1,tN

y
1,t︸ ︷︷ ︸

N1,t

+N z
1,rN

y
1,r︸ ︷︷ ︸

N1,r

and N2 , N z
2,tN

y
2,t︸ ︷︷ ︸

N2,t

+N z
2,rN

y
2,r︸ ︷︷ ︸

N2,r

are the

number of antenna elements of TRX 1 and TRX 2, respectively, in which the subscripts t/r and

z/y denotes the TX/RX array and the z-/y-axis, respectively. The number of the RIS’s reflective

elements is L. With a passive RIS, each element has a constant modulus constraint. Denoting
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Fig. 1: A RIS-aided in-band FD system. Fig. 2: A structure of the 3D TRX array.

the RIS reflection matrix by V , diag(v) ∈ CL×L, where v , [v1, v2, · · · , vL] ∈ C1×L with

|vi| = 1. ∀i ∈ {1, 2}, TX i and RX i are equipped with Mi,t and Mi,r RF chains, respectively. In a

fully-digital system with one dedicated RF chain per antenna, each TRX follows Mi,t = Ni,t and

Mi,r = Ni,r. With a fully-connected hybrid beamforming architecture (each RF chain connects

to all antenna elements), a small number of RF chains is considered, such that Mi,t � Ni,t and

Mi,r � Ni,r, for low hardware cost and energy consumption. Besides, we denote the number of

transmission data streams of TX i by Nst,i, such that Nst,i ≤ min{Mi,t,Mi,r}, ∀i ∈ {1, 2}.

A. Signal Model

Fi , FRF,iFBB,i ∈ CNi,t×Ns,i and Wi , WRF,iWBB,i ∈ CNi,r×Ns,i are respectively fully-

digital precoder and combiner of TRX i, where FRF,i ∈ CNi,t×Mi,t , FBB,i ∈ CMi,t×Ns,i , WRF,i ∈

CNi,r×Mi,r and WBB,i ∈ CMi,r×Ns,i denote analog precoding, digital precoding, analog combiner

and digital combiner, respectively. When TX i (∀i ∈ {1, 2}) transmits the signal si ∈ CNs,i×1

with E[sis
H
i ] = 1

Nst,i
INst,i , the received signal at RX j (∀j ∈ {1, 2}, j 6= i), is given by

yj =WH
j HD,iFisi + WH

j HR,jVHT,iFisi + WH
j HS,jFjsj + WH

j n

= WH
BB,jW

H
RF,jHD,iFRF,iFBB,isi︸ ︷︷ ︸

direct signal

+ WH
BB,jW

H
RF,jHR,jVHT,iFRF,iFBB,isi︸ ︷︷ ︸

cascaded signal

+ WH
BB,jW

H
RF,jHS,jFRF,jFBB,jsj︸ ︷︷ ︸
self-interference

+WH
BB,jW

H
RF,jnj,

(1)

where nj ∈ CNr,j×1 is the additive white Gaussian noise vector following CN (0, σ2
nINr,j).
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B. Channel Model

We show in Fig. 2 the duplex UPA structure, from which we can see that the whole array

structure depends on the relative distance D0 and the relative angle ω. Theoretically, the SI

becomes smaller as the relative distance D0 becomes larger, but practical TRXs, such as cell-

phones, have physical space limitations in practice. In this sense, the spatial correlation of TRX

arrays is worthy studying.

1) Angular-Domain Reciprocity: Considering that the channels between a source and the TRX

arrays have spatial correlations owing to the common scattering environment, the angular-domain

reciprocity of the TRX channels holds due to the far-field planar wavefront assumption2. That is,

when the distance between the TRX arrays and the source is far enough, the planar wavefront

is assumed to make the TRX arrays’ direction angles have a constant phase difference.

First, we denote the indices of the TX and RX array elements by sets Lt , {(nzt , n
y
t )|nzt =

0, · · · , N z
t − 1;nyt = 0, · · · , Ny

t − 1} and Lr , {(nzr, nyr)|nzr = 0, · · · , N z
r − 1;nyr = 0, · · · , Ny

r −

1}, respectively. The two arrays’ spherical array responses (SARs), without any approximation

assumption, can be written as

bt(R,Lt) ,
√

1

Nt

[
ej

2π
λ (R−Rt,(0,0)), · · · , ej

2π
λ

(
R−R

t,(Nzt ,N
y
t )

)]T
(2)

and

br(R,Lr) ,
√

1

Nr

[
ej

2π
λ (R−Rr,(0,0)), · · · , ej

2π
λ

(
R−R

r,(Nzr ,N
y
r )

)]T
, (3)

where R is the distance between the source/scatter and the array reference point. 2π
λ

is the wave

number with λ being the wavelength. Rt,(nzt ,n
y
t ) and Rr,(nzr ,n

y
r ) represent the distance between the

source/scatter and the (nzt , n
y
t )-th TX element and between the source/scatter and the (nzr, n

y
r)-th

RX element, respectively.

As shown in Fig. 2, let ψele/azi and ψele/azi be the elevation/azimuth angles between the refer-

ence point and the source/scatter, respectively. The three-dimensional (3D) Cartesian coordinates

of the (nzt , n
y
t )-th TX element and the (nzr, n

y
r)-th RX element are

(
0, yt,(nzt ,n

y
t ), zt,(nzt ,n

y
t )

)
and(

0, yr,(nzr ,nyr ), zr,(nzr ,nyr )

)
, respectively. Assuming each array’s antenna inter-element spacing is d,

the 3D Cartesian coordinate of the (nzt , n
y
t )-th TX element is simplified to (0, nyt d, n

z
td). Similarly,

2In the far-field planar wavefront assumption, all antenna elements transmit/receive signals along the same AoD/AoA to

formulate the commonly used planar-wave array response (PAR).
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the 3D Cartesian coordinate of the (nzr, n
y
r)-th RX element is simplified to (nzrd sin(ω), nyrd, (D0+

N z
t d) + nzrd cos(ω)). Then the vector coordinates

−→
R t,(nzt ,n

y
t ) and

−→
Rr,(nzr ,n

y
r ) are given by

−→
R t,(nzt ,n

y
t ) =

(
R sin(ψele) cos(ψazi), R sin(ψele) sin(ψazi)− nyt d, R cos(ψele)− nztd

)
. (4)

−→
Rr,(nzr ,n

y
r ) =

(
R sin(ψele) cos(ψazi)− nzrd sin(ω), R sin(ψele) sin(ψazi)− nyrd,

R cos(ψele)− (D0 +N z
t d)− nzrd cos(ω)

)
.

(5)

Further, Rt,(nzt ,n
y
t ) and Rr,(nzr ,n

y
r ) are calculated by Rt,(nzt ,n

y
t ) =

∣∣∣−→R t,(nzt ,n
y
t )

∣∣∣ and Rr,(nzr ,n
y
r ) =∣∣∣−→Rr,(nzr ,n

y
r )

∣∣∣, respectively. For clarity, denote by Ψazi , sin(ψele) sin(ψazi) and Ψele , cos(ψele),

the SAR of Eqn. (2) can be approximated as the commonly used PAR in the far-field region:

at(Ψ
ele,Ψazi) =

√
1

Nt

[
1, · · · , ej

2π
λ

(nyt dΨazi+nzt dΨele), · · · , ej
2π
λ ((Ny

t −1)dΨazi+(Nz
t −1)dΨele)

]T
, (6)

where ∀(nzt , n
y
t ) ∈ Lt. Generally, when the phase error, w.r.t. the array aperture and distance R,

between Eqn. (2) and (6) is smaller than the maximal tolerant error, it can be ignored. This is

also called the planar wavefront assumption. The boundary of the far- and near-field region is

called the Rayleigh distance.

Our interest regarding the angular-domain reciprocity is whether the RX’s array response (AR),

as same as Eqn. (6), can also be relevant to {Ψele,Ψazi} only. However, the relative distance

D0 may aggravate the phase error. For example, when D0 is large enough, the two arrays’

direction angles are naturally different. In practice, large D0 can reduce the SI but decrease

the TRX channels’ correlation and the space utilization. The following proposition shows the

angular-domain reciprocity of the TRX channels at a specific maximal phase error.

Proposition 1: Assuming that the TRX arrays in Fig. 2 have the same scattering environment,

the TRX channels have angular-domain reciprocity when the relative distance D0 ≤ Dmax. For

simplicity and to coincide with Eqn. (6), we set ω = 0 in this work3. Let δmax and Rmin be

the maximal phase error and the distance between the reference point and the closest scatter,

respectively, the maximal relative distance is given by Dmax =
√

λ
π
Rminδmax − (Ny

r d)2−N z
t d−

N z
r d.

Proof: See Appendix A.

Considering a system with D = 20λ, δmax = π
4
, Ny

r = N z
r = N z

t = Ny
t = 8, λ = 3

mm, and d = λ
2
, the Rayleigh distance is 9.6 m. That is, in the case when the communication

3When ω 6= 0, the angular-domain reciprocity still holds.
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distance exceeds 9.6 m, the TRX arrays have the angular-domain reciprocity property; otherwise,

the reciprocity property will not be related to the angle but also the distance. We assume that

D0 ≤ Dmax always holds, i.e., the angular-domain reciprocity is considered in this work.

According to the above proposition, the RX’s PAR at ω = 0 can be written as

ar(Ψ
ele,Ψazi) =

√
1

Nr

[
ej

2π
λ
DtΨele

, · · · , ej
2π
λ (nyrdΨazi+(Dt+nzrd)Ψele), · · · , ej

2π
λ ((Ny

r−1)dΨazi+(Dt+(Nz
r−1)d)Ψele)

]T
=

√
1

Nr

ej
2π
λ
DtΨele

[
1, · · · , ej

2π
λ (nyrdΨazi+nzrdΨele), · · · , ej

2π
λ ((Ny

r−1)dΨazi+(Nz
r−1)dΨele)

]T
,

(7)

where Dt = D0 + (N z
t − 1)d, and ∀(nzr, nyr) ∈ Lr.

2) Direct and Cascaded Channel Model: Due to the limited number of scatters in mmWave

channels, the channel can be expressed as the sum of the outer product of ARs with limited

paths. According to the angular-domain reciprocity, the TX i’s AoDs are identical to the RX i’s

AoAs, and the number of paths between the uplink and downlink channels, denoted by A, is

the same. Hence the direct channel HD,i(∀i ∈ {1, 2}) can be given by

HD,i =

√
Ni,tNi,r

A

A∑
a=1

αi,aar,j(θ
ele
j,a, θ

azi
j,a)a

H
t,i(θ

ele
i,a, θ

azi
i,a ), (8)

where ∀j = {1, 2}, j 6= i. θele/azi
1,a and θ

ele/azi
2,a denote the a-th path’s virtual direction angles of

the TRX 1 and 2, respectively, and α1,a and α2,a are their corresponding path gains. Besides,

at,1 and at,2 have a similar definition as Eqn. (6), but with different antenna elements (N1,t and

N2,t). The following definitions regarding the AR’s numeric subscript in this paper are all like

this. Similarly, let B1 be the number of paths of {HT,1,HR,1}, and B2 be the number of paths

of {HT,2,HR,2}. The channels are expressed as

HT,i =

√
Ni,tL

Bi

Bi∑
bi=1

βi,bial(%
ele
i,bi
, %azi

i,bi
)aHt,i(ϑ

ele
i,bi
, ϑazi

i,bi
), (9)

HR,i =

√
Ni,rL

Bi

Bi∑
bi=1

χi,biar,i(ϑ
ele
i,bi
, ϑazi

i,bi
)aHl (%ele

i,bi
, %azi

i,bi
), (10)

where al is the PAR of the RIS.

3) SI Channel: Since the two arrays are nearby, the LoS path of the channel between them

cannot satisfy the planar wavefront assumption. Therefore, we can recognize that the SI channel

consists of not only the SAR for the LoS path, but also the PAR for NLoS paths. The SI channel

comprised of the LoS component is given by

HLoS
S,i =

√
Ni,tNi,rγ

LoS
i br,i(Rsi ,Lr,i)bHt,i(Rsi ,Lt,i), (11)
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where i ∈ {1, 2}, Rsi denotes the distance between the TX i and RX i, and γLoS
i is the LoS path

gain. Considering the NLoS channel, the identical AoA and AoD are used for TX/RX PARs

owing to the angular-domain reciprocity. Thus, we have

HNLoS
S,i =

√
Ni,tNi,r

Pi

Pi∑
pi=1

γNLoS
pi

ar,i(φ
ele
i,pi
, φazi

i,pi
)aHt,i(φ

ele
i,pi
, φazi

i,pi
), (12)

where Pi is the number of paths of TRX i’s NLoS channel, γNLoS
pi

is the path gain, φele/azi
i,pi

is

the direction angle from the reference point to the pi-th scatter. Then the whole SI channel is

given by HS,i = HLoS
S,i + HNLoS

S,i .

4) Virtual Channel Representation (VCR): The key of sparse channel estimation is to virtually

represent the true channel by the pre-defined angular-domain dictionary. Generally, the widely

used dictionary for sparse channel estimation is the over-complete discrete Fourier transform

(DFT) dictionary, which can effectively characterize the beamspace. More precisely, for the

standard PAR of UPAs, such as Eqn. (6), the over-complete DFT dictionary is formulated by

sampling Ψele/azi in a over-complete DFT bin: {−1,−1+ 2
Gz/y

, · · · , 1− 2
Gz/y
}, where Gz and Gy

denote the sample points along the elevation and azimuth directions, respectively. G = Gy×Gz

is the total sample points over the 3D beamspace. Therefore, the over-complete DFT dictionary

w.r.t. the TX array is given by AT, with the atom being at
(
−1 + 2gz

Gz
,−1 + 2gy

Gy

)
, ∀(gz, gy) ∈

G , {(gz, gy)|gz = 0, 1, · · · , Gz; gy = 0, 1, · · · , Gy}. Besides, the RX array’s dictionary can be

represented by the same sample angles used for the TX array’s dictionary, i.e., AR with the atom

being ar
(
−1 + 2gz

Gz
,−1 + 2gy

Gy

)
, ∀(gz, gy) ∈ G , {(gz, gy)|gz = 0, 1, · · · , Gz; gy = 0, 1, · · · , Gy}.

Taking the VCR of HD,1 as an example, we have HD,1 ≈ AR,2A1A
H
T,1, where A1 ∈ CG×G is a

sparse matrix, the non-zero element of which indicates the AoD, AoA and path gain information.

Similarly, the other channels can also be virtually represented by over-complete DFT dictionaries.

III. JOINT DL-UL CHANNEL ESTIMATION

The whole channel estimation procedure consists of two phases. In the first phase, the RIS

is turned off for easy estimation of the SI channel and the direct channel. This work takes the

SI channel of the BS as a-priori information1, and focuses on the estimation of the UE’s SI

channel. In this sense, only TX 2/RX 2 transmits/receives pilot signals. After the SI channel is

estimated, the downlink and uplink channels are jointly estimated, owing to the FD mode and the

angular-domain reciprocity, with a low training complexity. In the second phase, the cascaded

channel parameters are estimated. Since there are various parameters (the BS’s, UE’s and RIS’s
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direction angles) required to be estimated, it will result in an unacceptable pilot overhead if using

conventional RIS-based channel estimation methods [18], [19]. Therefore, we propose a joint

UL-DL cascaded channel estimation approach, which first estimates the BS’s and UE’ direction

angles at a fixed RIS phase matrix, and then estimates the RIS’s direction angles based on the

estimated BS’s and UE’ direction angles. Particularly, this phase leverages on the angular-domain

reciprocity to better recover channel parameters.

A. SI Channel Estimation

As described before, the UE’s SI channel varies as the scattering environment changes.

However, its LoS component is slow-varing since the LoS path of the SI channel is independent of

the scattering environment. According to Eqn. (11), the LoS path’s SAR is easily obtained due to

the known Rs2 and Lt/r,2. Hence, we can estimate its path gain γ̂LoS
2 by transmitting and receiving

the pilot signal with the obtained SAR. Following that, the LoS component of the UE’s SI channel

can be reconstructed according to Eqn. (11), which is denoted by ĤLoS
S,2 . Next, we consider HNLoS

S,2

that is P2-sparse. Using the VCR, HNLoS
S,2 is approximated by HNLoS

S,2 ≈ AR,2Υ2A
H
T,2. Owing to

the identical AoAs and AoDs of HNLoS
S,2 , which means that the row index and column index of

non-zero elements in Υ2 are equal, such that Υ2 is a diagonal matrix. Based on this, we develop

a simplified CS solution leveraging on the Khatri-Rao product.

Assuming TX 2 sends NS,X pilot sequences XS =
[
F2,1s2,1,F2,2s2,2, · · · ,F2,NS,Xs2,NS,X

]
∈

CN2,t×NS,X to estimate the SI channel. For each transmit pilot sequence, RX 2 spends NS,Y
M2,r

time

slots receiving with W̃S = [W2,1,W2,2, · · · ,W2,
NS,Y
M2,r

] ∈ CN2,r×NS,Y . After NS,X
NS,Y
M2,r

time slots,

the collected signal at RX 2 can be written as

YS,2 =W̃H
S HNLoS

S,2 XS + W̃H
S HLoS

S,2 XS + NS

≈W̃H
S AR,2Υ2A

H
T,2XS + W̃H

S HLoS
S,2 XS + NS,

(13)

where NS ∈ CNS,Y ×NS,X is the combined noise matrix.

As the previous statement, HLoS
S,2 can be easily to be got, we assume it has been estimated to

obtain

ỸS,2 ≈ ΦS,WΥ2ΦS,F + NS, (14)

where ỸS,2 = YS,2 − W̃H
S ĤLoS

S,2 XS, ΦS,W , W̃H
S AR,2 ∈ CNS,Y ×G, and ΦS,F , AH

T,2XS ∈

CG×NS,X . Since both TX and RX PARs depend on the same angle, as shown in Eqn. (12), it can be

observed that Υ2 is a diagonal matrix. Therefore, we propose a KR-CS framework for this special

case. Vectorizing the above equation based on the fact that Υ̃2 is a diagonal matrix, we have
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vec
(
ỸS,2

)
(a)
≈
(
ΦT

S,F •ΦS,W

)
υ + vec (NS), where (a) holds because vec(ABC) = (CT •A)b

with b denoting the vector consisting of the diagonal elements of B. Thus, υ is a sparse vector

consisting of the diagonal elements of Υ̃2. Therefore, a CS problem is formulated as

arg min
υ

‖υ‖0 , s.t.
∥∥∥vec

(
ỸS,2

)
−
(
ΦT

S,F •ΦS,W

)
υ
∥∥∥2

2
≤ ε, (15)

where ε is the precise factor. Faced with the above problem, a variety of recovery algorithms

can be applied for solving υ, e.g., greedy algorithms, convex methods and Bayesian learning. In

this work, we choose LAOMP, which outperforms OMP due to the I loops for the look-ahead

procedure [36], as the basic algorithm for its easy extensibility to various CS frameworks.

When υ̂ is estimated, we can reconstruct the SI channel according to its non-zero elements.

Specifically, the non-zero index indicates the AoA/AoD index in the dictionary and the non-zero

value indicates the estimated path gain. Hence the reconstructed channel can be represented by

ĤNLOS
S,2 = AR,2diag(υ)AH

T,2.

B. Direct Channel Estimation

Same as SI channel estimation, we assume that the RIS is turned off. TX i (∀i ∈ {1, 2})

transmits pilot sequences XDi , [Fi,1,Fi,2, · · · ,Fi,NDi,X
] ∈ CNi,t×NDi,X , and then for each pilot

sequence, RX j (∀j ∈ {1, 2}, j 6= i) receives with W̃Dj ,

[
Wj,1,Wj,2, · · · ,W

j,
NDj,Y

Mj,r

]
∈

CNj,r×NDj ,Y . Through NDi,X
NDj,Y

Mj,r
time slots, the collected signal at RX j can be given by

YD,j = W̃H
Dj

HD,iXDi + W̃H
Dj

HS,jXDj + NDj , (16)

where NDj ∈ CNDj,Y ×NDi,X is the noise matrix. Suppose the estimated SI channel is approxi-

mately accurate, the above equation with pilot removed is simplified as

ỸD,j ≈ W̃H
Dj

HD,iXDi + NDj ≈ W̃H
Dj

AR,jAiA
H
T,iXDi + NDj

(17)

where Ai ∈ CG×G is the sparse matrix.

Leveraging on the angular-domain reciprocity, it is easy to know that the non-zero indices

of A1 and A2 are transposed, i.e., the non-zero element’s column/row index of A1 is equal

to the non-zero element’s the row/column index of A2. By defining ΦDi,F , AH
T,iXDi ∈

CG×NDi,X and ΦDj ,W , W̃H
Dj

AR,j ∈ CNDj,Y ×G (∀i, j ∈ {1, 2}), vectorizing ỸD,1 and ỸH
D,2

yields ỹD,1 , vec
(
ỸD,1

)
=
(
ΦT

D2,F
⊗ΦD1,W

)
ξ2 + vec (ND1), and ỹD,2 , vec

(
ỸH

D,2

)
=(

Φ∗D2,W
⊗ΦH

D1,F

)
ξ1 + vec(ND2), where ξ2 , vec (A2) and ξ1 , vec

(
AH

1

)
. Since ξ1 and ξ2
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have the same sparsity support, i.e., supp(ξ1) = supp(ξ2), the D-CS problem is formulated:

arg min
ξ1,ξ2

‖ξ1‖0 + ‖ξ2‖0

s.t.
∥∥ỹD,1 −

(
ΦT

D2,F
⊗ΦD1,W

)
ξ2

∥∥2

2
≤ ε,∥∥ỹD,2 −

(
Φ∗D2,W

⊗ΦH
D1,F

)
ξ1

∥∥2

2
≤ ε,

supp(ξ1) = supp(ξ2).

(18)

To solve it, a D-LAOMP algorithm is proposed. The difference between it and LAOMP is that

the former recovers multiple sparse vectors jointly with different sensing matrices. Hence D-

LAOMP is comprised of multiple LAOMP procedures with a common sparsity constraint. Due

to the space constraint, we do not describe D-LAOMP in detail.

C. Cascaded Channel Parameter Estimation

As earlier mentioned, the cascaded channel estimation problem is divided into two subprob-

lems: 1) BS’s and UE’s channel parameter estimation with a two-stage D-M-CS framework, and

2) RIS’s channel parameter estimation with a parallelizable multiple 1-sparse vector recovery

framework.

1) BS’s and UE’s AoA/AoD Recovery: Since we have estimated the SI channel and direct chan-

nel, so we just consider the cascaded signal as Eqn. (1). With a fixed RIS phase matrix, TX i (∀i ∈

{1, 2}) transmits pilot sequences XCi , [Fi,1,Fi,2, · · · ,Fi,NCi,X
] ∈ CNi,t×NCi,X , and then for each

pilot sequence, RX j (∀j ∈ {1, 2}, j 6= i) receives with W̃Cj ,

[
Wj,1,Wj,2, · · · ,W

j,
NCj,Y

Mj,r

]
∈

CNj,r×NCj ,Y . With NCi,X
NCj,Y

Mj,r
time slots, the residual signal ỸC,j ∈ CNCj,Y ×NCi,X at RX j can

be given by
ỸC,j =W̃H

Cj
HR,jVHT,iXCi + NCj

(b)
=W̃H

Cj
ΠR,jdiag(χj)Π

H
L,jVΠL,idiag(βi)Π

H
T,iXCi + NCj

=W̃H
Cj

ΠR,jΛi,jΠ
H
T,iXCi + NCj ,

(19)

where

Λi,j , diag(χj)Π
H
L,jVΠL,idiag(βi) ∈ CBj×Bi (20)

is the effective cascaded channel, ỸC,j = YC,j − W̃H
Cj

ĤD,iXCi − W̃H
Cj

ĤS,jXCj with YC,j ∈

CNCj,Y ×NCi,X denoting the collected signal at RX j in NCi,XNCj ,Y time slots. (b) holds due to

HR,j , ΠR,jdiag(χj)Π
H
L,j ∈ CNj,r×L and HT,i , ΠL,idiag(βi)Π

H
T,i ∈ CL×Ni,t , where ΠR,j ,
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[
ar,i
(
ϕele
i,1, ϕ

azi
i,1

)
, · · · , ar,j

(
ϕele
j,Bj

, ϕazi
j,Bj

)]
∈ CNj,r×Bj , χj ,

[
χj,1, · · · , χj,Bj

]
∈ C1×Bj , ΠL,j ,[

al
(
%ele
j,1, %

azi
j,1

)
, · · · , al

(
%ele
j,Bj

, %azi
j,Bj

)]
∈ CL×Bj , ΠL,i , [al(%

ele
i,1, %

azi
i,1 ), · · · , al(%ele

i,Bi
, %azi

i,Bi
)] ∈ CL×Bi ,

βi , [βi,1, · · · , βi,Bi ] ∈ C1×Bi , ΠT,i , [at,i(ϑ
ele
i,1, ϑ

azi
i,1 ), · · · , at,i(ϑele

i,Bi
, ϑazi

i,Bi
)] ∈ CNt,i×Bi , and

NCj ∈ CNCj,Y ×NCi,X is the noise matrix.

Based on the VCR, we approximate Eqn. (19) as ỸC,j ≈ W̃H
Cj

AR,jΓi,jA
H
T,iXCi +NCj , where

Γi,j ∈ CG×G is a BiBj-sparse matrix we need to recover. Note that the sparsity of Γi,j is

structural rather than random. In Γi,j , one non-zero row maps to Bj non-zero columns, and vice

versa, one non-zero column maps Bi non-zero rows. This structural sparsity is called as row-

column-block sparsity. Besides, Γ2,1 = ΓH
1,2 due to the angular-domain reciprocity. Considering

the above, we propose a two-stage D-M-CS framework to recover Γ2,1.

In the first stage, we exploit the row-block-sparsity and the angular-domain reciprocity to

recover the non-zero rows of Γ2,1/Γ
H
1,2 with a D-M-CS problem:

arg min
Z2,1,Z1,2

‖Z2,1‖0 + ‖Z1,2‖0

s.t.
∥∥∥ỸC,1 − W̃H

C1
AR,1Z2,1

∥∥∥2

F
≤ ε,∥∥∥ỸH

C,2 − X̃H
C1

AT,1Z
H
1,2

∥∥∥2

F
≤ ε,

r-supp(Z2,1) = c-supp(Z1,2),

(21)

where Z2,1 , Γ2,1A
H
T,2XC2 ∈ CG×NC2,X , Z1,2 , W̃H

C2
AR,2Γ1,2 ∈ CNC2,Y

×G, r-supp(·) and

c-supp(·) are row-sparse support and column-sparse support of a sparse matrix, respectively.

To solve it, a D-M-LAOMP algorithm is proposed by jointly recovering the row-block-spare

matrices.

In the second stage with estimated Z2,1 and ZH
1,2, the non-zero rows of them are abstracted to

form Z̃2,1 and Z̃H
1,2. Let the matrices formed by non-zero rows and non-zero columns of Γ2,1 and

Γ1,2 be Γ̃2,1 and Γ̃1,2, respectively. Then, we have Z̃2,1 ≈ Γ̃2,1A
H
T,2XC2 and Z̃1,2 ≈ W̃H

C2
AA,2Γ̃1,2.

This indicates how to recover the non-zero columns of Γ2,1/Γ
H
1,2. Similar to problem (21), the

following D-M-CS problem is developed for the recovery of Γ̃2,1 and Γ̃1,2:

arg min
Γ̃2,1,Γ̃1,2

∥∥∥Γ̃2,1

∥∥∥
0

+
∥∥∥Γ̃1,2

∥∥∥
0

s.t.
∥∥∥Z̃H

2,1 − X̃H
C2

AT,2Γ̃
H
2,1

∥∥∥2

F
≤ ε,∥∥∥Z̃1,2 − W̃H

C2
AR,2Γ̃1,2

∥∥∥2

F
≤ ε,

c-supp(Γ̃2,1) = r-supp(Γ̃1,2).

(22)
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The above problem can be effectively solved by D-M-LAOMP, which is easy to derive from

our proposed D-LAOMP. According to the two-stage solutions, the BS’s and UE’s angles can

be obtained by estimated r-supp(Z2,1) and c-supp(Γ̃2,1).

2) RIS’s AoA/AoD Recovery (Angular-Domain Cascaded Channel Estimation): With the esti-

mated BS’s and UE’s angle directions, the BS and UE transmit/receive pilot signals along these

angle directions. At the same time, the RIS adjusts its phase matrix constantly to estimate the

RIS’s channel parameters. For concreteness, let
{

Π̂R,i, Π̂T,i|i = 1, 2
}

be the estimated angle

parameters of the direct channel. Assuming that they are estimated approximately accurately,

i.e., Π̂H
R,iΠR,i ≈ IBi and Π̂H

T,iΠT,i ≈ IBi . In each sub-frame for RIS phase matrix adjustment,

TX i transmits pilot signals along ΠT,i and RX j receives pilot signals with ΠR,j . Similar to

previous signal models, the collected signal at RX j at the q-th sub-frame is

Ŷj,q =ΠH
R,jHR,jVqHT,iΠT,j + ÑCj

≈diag(χj)Π
H
L,jVqΠL,idiag(βi) + ÑCj ,

(23)

where Vq is the RIS phase matrix in sub-frame q, ÑCj ∈ CBj×Bi is the noise matrix. For clarity,

the noise term is ignored. The (bj, bi)-th element in Ŷj,q is given by[
Ŷj,q

]
bj ,bi
≈ [χj]bjvq

(
al

(
%ele
j,bj
, %azi

j,bj

)
� a∗l

(
%ele
i,bi
, %azi

i,bi

))
[βi]bi

= [χj]bjvqcl

(
%ele
j,bj
, %azi

j,bj
, %ele

i,bi
, %azi

i,bi

)
[βi]bi ,

(24)

where cl is a cascaded AR formed by the Hardmard product of two PARs. By the way, we

can define the angular-domain cascaded channel Ξi,j ∈ CL×BjBi , which will be used in a later

section for passive beamforming, with the ((bi − 1)Bj + bj)-column being

[Ξi,j]:,(bi−1)Bj+bj , cl

(
%ele
j,bj
, %azi

j,bj
, %ele

i,bi
, %azi

i,bi

)
[βi]bi [χj]bj . (25)

Then, the ((bi − 1)Bj + bj)-the element of vec
(
Ŷj,q

)
is written as[

vec
(
Ŷj,q

)]
(bi−1)Bj+bj

= vqcl

(
%ele
j,bj
, %azi

j,bj
, %ele

i,bi
, %azi

i,bi

)
[τi,j](bi−1)Bj+bj

, (26)

where τi,j = βi ⊗ χj ∈ C1×BiBj is the cascaded path gain. After Q sub-frames, the collected

signal at RX j is denoted by Ÿj ∈ CBiBj×Q. The ((bi − 1)Bj + bj)-th column of its transpose

ŸT
j is given by [

ŸT
j

]
:,(bi−1)Bj+bj

= Vcl

(
%ele
j,bj
, %azi

j,bj
, %ele

i,bi
, %azi

i,bi

)
[τi,j](bi−1)Bj+bj

, (27)

where V =
[
vT1 ,v

T
2 , · · · ,vTQ

]T ∈ CQ×L is the collected RIS phase matrix for estimating the

RIS’s channel parameters. This equation shows that each column of ŸT
j is composed of one AR
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and one path gain. Thus, we can recover cl

(
%ele
j,bj
, %azi

j,bj
, %ele

i,bi
, %azi

i,bi

)
and [τi,j](bi−1)Bj+bj

from the

((bi−1)Bj+bj)-th column of ŸT
j by designing a dictionary which samples the RIS’s beamspace.

Let CL ∈ CL×GL be a dictionary with GL atoms, characterizing the RIS’s beamspace from

different angle directions, Eqn. (27) can be approximated as[
ŸT
j

]
:,(bi−1)Bj+bj

≈ VCL[ti,j](bi−1)Bj+bj , (28)

where [ti,j](bi−1)Bj+bj ∈ CGL×1 is a 1-sparse vector. According to this, [ti,j](bi−1)Bj+bj ∈ CGL×1

can be recovered by the standard CS framework, i.e., for j = 1, 2 (i ∈ {1, 2}, i 6= j),

arg min
[ti,j ](bi−1)Bj+bj

∥∥[ti,j](bi−1)Bj+bj

∥∥
0
, s.t.

∥∥∥∥[ŸT
j

]
:,(bi−1)Bj+bj

−VCL[ti,j](bi−1)Bj+bj

∥∥∥∥2

2

≤ ε. (29)

By recovering t̂i,j , the angular-domain cascaded channel Ξ̂i,j can be reconstructed. The above

problem can be directly solved by LAOMP. For this, the dictionary CL should be designed.

Since the AR cl of Eqn. (27) consists of four parameters, sampling them to characterize the

beamspace will produce an immense dictionary. Note that cl is the Hardmard product of two

ARs. Hence cl

(
%ele
j,bj
, %azi

j,bj
, %ele

i,bi
, %azi

i,bi

)
has a form of

cl

(
%ele
j,bj
, %azi

j,bj
, %ele

i,bi
, %azi

i,bi

)
= al

(
%ele
j,bj
− %ele

i,bi
, %azi

j,bj
− %azi

i,bi

)
= al

(
ρele
i,j,bi,bj

, ρazi
i,j,bi,bj

)
, (30)

where ρele
i,j,bi,bj

, %ele
j,bj
− %ele

i,bi
and ρazi

i,j,bi,bj
, %azi

j,bj
− %azi

i,bi
serve as the cascaded elevation and

azimuth angles of the RIS, respectively. Note that cascaded angles belong to [−2, 2] since each

angle in {%ele
j,bj
, %azi

j,bj
, %ele

i,bi
, %azi

i,bi
} belongs to [−1, 1]. However, we just need to sample the cascaded

angle in [−1, 1] due to the exponential terms ejπ
2d
λ

(%elej,bj
−%elei,bi ) and e

jπ 2d
λ

(%azij,bj
−%azii,bi

), where d = λ
2

is assumed. Therefore, the dictionary CL can be represented by a over-complete DFT dictionary

as shown in Section II-B4.

D. Off-Grid Refinement

Due to the basis mismatch problem [35] inherent in AoA/AoD estimation, the off-grid or super-

resolution optimization after CS recovery should be considered for better estimation performance.

Indeed, some recovery algorithms themselves can resist the basis mismatch impact, e.g., atomic

norm minimization [37], but with a high computational complexity. Thus, the preferred fast

method is off-grid refinement that jointly optimizes the selected atoms and non-zero coeffi-

cients. Here, the off-grid method in our previous works [38], [39] is used for the proposed CS

frameworks. The key idea is to utilize the perturbation technique to minimize the error between

the estimated angle and the true angle. Although it is not direct to design different off-grid
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methods for variant LAOMP algorithms, e.g., off-grid D-M-LAOMP for Eqn. (21) and (22), the

MMV-version off-grid method in [39] can be referred to for further extension.

IV. PASSIVE AND HYBRID BEAMFOMING OPTIMIZATION

Since the accurate separate channels {HR,j,HT,i} are hard to acquire due to 1) the ambi-

guity problem [22], and 2) the hybrid beamforming architecture, this section conducts passive

beamforming optimization based on the angular-domain cascaded channel of Eqn. (25). With

optimized passive beamforming, a H-WMMSE-SIC method that iteratively optimizes hybrid

beamforming is proposed.
A. Angular-Domain-Based Passive Beamforming

Let Σj , σ2
n,jW

H
j Wj and σ2

p,i be the processed noise covariance matrix at RX j and the

transmit power at TX i, respectively. By optimizing the cascaded channel’s SE, the following

optimization problem is formulated:

arg max
V

2∑
j=1

log2

(
det
(
INst,i + Σ−1

j WH
j HR,jVHT,iFiF

H
i HH

T,iV
HHH

R,jWj

))

s.t. |[V]l1,l2| =

1, l1 = l2

0, l1 6= l2

(∀l1, l2 = {1, · · · , L}) , Tr(FiF
H
i ) ≤ σ2

p,i.

(31)

Suppose that {Fi,Wj} are fixed as the optimal fully-digital precoder/combiner such that FH
i Fi =

σ2
p,i

Nst,i
INst,i and WH

j Wj = INst,i . Therefore, maximizing the above objective function is equivalent

to maximizing SEcas,j , log2

(
det
(
INst,i +

σ2
p,i

Nst,i
Σ−1
j HR,jVHT,iH

H
T,iV

HHH
R,j

))
. However, it

is still difficult to handle due to the unknown channel matrices {HR,j,HT,i}, the determi-

nant operation, as well as the non-convex constraint of the RIS phase matrix. To address

the optimization problem of Eqn. (31) without known {HR,j,HT,i}, as Eqn. (19), we re-write

SEcas,j = log2

(
det
(
INst,i +

σ2
p,i

Nst,iσ2
n
ΠR,jΛi,jΠ

H
T,iΠT,iΛ

H
i,jΠ

H
R,j

))
. Assuming that the number of

data streams equals to the rank of the cascaded channel. The upper bound of SEcas,j is

SEcas,j = log2

Nst,i∏
k=1

(1 +
σ2
p,i

Nst,iσ2
n,j

λ2
k)


(e)

≤ Nst,ilog2

(
1 +

σ2
p,iTr

(
ΠR,jΛi,jΠ

H
T,iΠT,iΛ

H
i,jΠ

H
R,j

)
N2
st,iσ

2
n,j

)
(f)

≤ Nst,ilog2

(
1 + zzzi,jTr

(
Λi,jΛ

H
i,j

))
,

(32)

where {λk}
Nst,i
k=1 are singular values of ΠR,jΛi,jΠ

H
T,i, zzzi,j ,

σ2
p,i

N2
st,iσ

2
n,j

Tr(ΠH
T,iΠT,i)Tr(ΠH

R,jΠR,j),

(e) holds owing to the Jensen’s inequality, and (f) holds due to Tr(AB) ≤ Tr(A)Tr(B)
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with arbitrary matrics A � 0 and B � 0. Therefore, maximizing Eqn. (31) is equivalent to

maximizing Tr
(
Λ1,2Λ

H
1,2

)
+ Tr

(
Λ2,1Λ

H
2,1

)
w.r.t. V , diag(v). By a simple transformation of

Tr
(
Λi,jΛ

H
i,j

)
= ‖Λi,j‖2

F and combining Eqn. (20), (24), and (25), we have Tr
(
Λi,jΛ

H
i,j

)
=∥∥∥vΞ̂i,j

∥∥∥2

2
, which motivates us to propose an angular-domain-based optimization problem w.r.t.

v, which is equivalent to problem (31), given by

arg max
v

v
(
Ξ̂1,2Ξ̂

H
1,2 + Ξ̂2,1Ξ̂

H
2,1

)
vH , s.t. |[v]k1| = 1,∀k1 = 1, · · · , L. (33)

Since the above problem is non-convex regardless of the constraint of v, singular value decom-

position (SVD) is used to find the largest singular vector for a sub-optimal solution. Using SVD

on the Hermitian positive semi-definite matrix Ξ̂1,2Ξ̂
H
1,2 + Ξ̂2,1Ξ̂

H
2,1 = V̈ΣvV̈H , where Σv is

a diagonal matrix with singular values in descending order. With the modulo 1 constraint, v?

can be derived by v? = ej(−angle(V̈:,1)), where angle(·) denotes the phase abstraction operator.

Finally, we can obtain Λ̂i,j with optimized v? and estimated Ξ̂i,j .

B. H-WMMSE-SIC

By denoting HC,i , ΠR,jΛi,jΠ
H
T,i, the SE at RX j is defined as

SEj , log2

(
det
(
INst,i + Σ̃−1

j WH
j ĤDC,iFiF

H
i ĤH

DC,iWj

))
, (34)

with HDC,i = HD,i + HC,i and Σ̃j = σ2
n,jW

H
j Wj + WH

j HS,jFjF
H
j HH

S,jWj . Denoting the

hybrid beamfoming set as H = {FRF,i,FBB,i,WRF,i,WBB,i|i = 1, 2}, the optimization problem

is written as
arg max

H
SE1 + SE2

s.t. |[FRF,i]k1,k2| = |[WRF,i]k1,k2| = 1, ∀k1, k2,

‖FRF,iFBB,i‖2
F ≤ σ2

p,i,∀i = 1, 2,

(35)

The above problem is hard to solve due to the non-convex variables in H and the multiplication

of those non-convex variables and the SI term. Inspired by the WMMSE minimization method

used for broadcast channel precoder/combiner [40] with a good performance, we employ it for

SIC. Based on the relation between the SE maximization and WMMSE minimization problems,

problem (35) is transformed into a more tractable equivalent form:

arg min
M

2∑
j=1

Tr (QjEj)− log2(det(Qj))

s.t. |[FRF,i]k1,k2| = |[WRF,i]k1,k2| = 1, ∀k1, k2,

‖FRF,iFBB,i‖2
F ≤ σ2

p,i,∀i = 1, 2,

(36)
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where M = {H,Q1,Q2}, and Qj � 0 is a weighted matrix for RX j. The MSE covariance

matrix is defined as

Ej , E
[
(sj − ŝj)(sj − ŝj)

H
]

=
(
INst,i −WH

j HDC,iFi

) (
INst,i −WH

j HDC,iFi

)H
+ WH

j HS,jFjF
H
j HH

S,jWj + σ2
n,jW

H
j Wj,

(37)

where ŝj is the combined received signal at RX j. With the above equivalence, all variables

can be iteratively solved with the fully-digital array architecture, i.e., the fully-digital WMMSE-

SIC method. However, the non-convex variable set H is still hard to solve. One straightforward

method is to obtain a fully-digital solution, followed by a decoupling of analog and digital

beamforming. This way will incur large performance loss due to the strong SI. To meet this

drawback, we propose a H-WMMSE-SIC method which optimizes H in each iteration of the

WMMSE procedure.

1) Optimization of {WRF,j,WBB,j}2
j=1 : By fixing other variables except {WRF,j,WBB,j}2

j=1,

the optimization problem of (36) is equivalent to minimizing E[‖s − ŝ‖2
2]. For j = 1, 2 (i ∈

{1, 2}, i 6= j), we have

arg min
WRF,j ,WBB,j

E
[
‖sj − ŝj‖2

2

]
, s.t. |[WRF,i]k1,k2| = 1, ∀k1, k2. (38)

The above objective function can be further written as

E
[
‖sj − ŝj‖2

2

]
=Tr

(
WH

BB,jW
H
RF,jUjWRF,jWBB,j

)
− 2<

{
Tr
(
WH

BB,jW
H
RF,jHDC,iFRF,iFBB,i

)}
+ 1,

(39)

where Uj = HDC,iFRF,iFBB,iF
H
BB,iF

H
RF,iH

H
DC,i + HS,jFRF,jFBB,jF

H
BB,jF

H
RF,jH

H
S,j + σ2

n,jINj,r . If

there are no constraints on WRF,jWBB,j (i.e., fully-digital WMMSE-SIC is considered), the

optimal soluition can be derived by the first-order optimality condition. This indicates that the

optimal W?
BB,j can be directly solved by fixing WRF,j . According to the first-order optimality

condition, we have

W?
BB,j =

(
WH

RF,jUjWRF,j

)−1
WRF,jHDC,iFRF,iFBB,i. (40)

With this, we can minimize Eqn. (39) w.r.t. WRF,j subject to s.t. |[WRF,i]k1,k2| = 1. Taking

into account the modulus constraint of each entry in WRF,j , the following proposition aims at

finding each entry’s solution while fixing other entries.
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Proposition 2: Considering a problem given by

arg min
R

Tr
(
BHRHURB

)
− 2<

{
Tr
{
BHRHF

}}
s.t. |[R]k1,k2| = 1, ∀k1, k2.

(41)

Its solution can be derived by the CD procedure, which optimizes each entry of R while fixing

other entries, i.e., [R]k1,k2 =
νk1,k2
|νk1,k2 |

with νk1,k2 =
∑

k3 6=k1

∑
k4 6=k2[U]k1,k3 [R]k3,k4 [BBH ]k4,k2 −

[FBH ]k1,k2 .

Proof: See Appendix B.

According to the above proposition, W?
RF,j can be derived by solving Eqn. (38) with fixed

W?
BB,j . Next, we update the weighted matrix for WMMSE.

2) Optimization of {Qj}2
j=1: With the fixed hybrid beamforming set H, problem (36) is

convex w.r.t. Qj . Hence the optimal weighted matrix can be derived as Q?
j = E−1

j by the

first-order optimality condition.

3) Optimization of {FRF,i,FBB,i}2
i=1: For convenience of understanding, we first derive the

fully-digital solution for Fi when fixing the weighted matrices and the hybrid precoder. The

following problem is formulated:

arg min
F1,F2

Tr (Q1E1) + Tr (Q2E2)

s.t. |[FRF,j]k1,k2| = 1, ∀k1, k2,

‖FRF,iFBB,i‖2
F ≤ σ2

p,i, ∀i = 1, 2.

(42)

The above objective function is expanded as

Tr (Q1E1) +Tr (Q2E2) = Tr
(
FH

1 T1F1 + FH
2 T2F2

)
+ Tr

(
Q1W

H
1 W1 + Q2W

H
2 W2

)
− 2<

{
Tr
(
FH

1 HH
DC,1W2Q2 + FH

2 HH
DC,2W1Q1

)}
+ Tr (Q1 + Q2) ,

(43)

where Ti = HH
DC,iWjQjW

H
j HDC,i + HH

S,iWiQiW
H
i HS,i for i, j = 1, 2, j 6= i. According to

this, the optimization for precoder can be decoupled across the two TXs. For i = 1, 2, (j =

1, 2, j 6= i), we optimize the following objective function

Tr
(
FH
i TiFi

)
− 2<

{
Tr
(
FH
i HH

DC,iWjQj

)}
, (44)

subject to FRF,i ∈ AT,i. If there are no constraints on Fi, the above problem w.r.t. Fi is

convex due to Ti � 0. Hence F?
i can be obtained by the Lagrangian duality, where F?

i =(
Ti + µiINi,t

)−1
HH

DC,iWjQj , where µi is the factor that controls the power constraint ‖F?
i ‖

2
F ≤

σ2
p,i. Since ‖F?

i ‖
2
F is a monotonically decreasing function of µi. Thus, the bisection algorithm

can be used for solving a proper µi. However, the hybrid precoder is still hard to get based
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Algorithm 1 H-WMMSE-SIC
Input: Channel matrices HD,i, HC,i, HS,i ∀i = 1, 2, and iteration number T .

Output: Hybrid beamforming Fi and Wi, ∀i = 1, 2.

1: Initialize: F
(0)
RF,i is randomly generated subject to the modulus-1 constraint, F

(0)
BB,i is randomly generated subject to∥∥∥F(0)

RF,iF
(0)
BB,i

∥∥∥2
F
≤ σ2

p,i, iteration number t = 0.

2: repeat

3: Update U
(t)
j = HDC,iF

(t)
RF,iF

(t)
BB,iF

(t),H
BB,i F

(t),H
RF,i H

H
DC,i +HS,jF

(t)
RF,jF

(t)
BB,jF

(t),H
BB,j F

(t),H
RF,j H

H
S,j + σ2

n,jINj,r .

4: Obtain W
(t)
BB,j =

(
W

(t),H
RF,j U

(t)
j W

(t)
RF,j

)−1

W
(t)
RF,jHDC,iF

(t)
RF,iF

(t)
BB,i.

5: Update W
(t)
RF,j according to proposition 2.

6: Calculate Q
(t)
j = E−1

j according to Eqn. (37).

7: Calculate T̃
(t)
i = F

(t),H
RF,i H

H
DC,iW

(t)
j Q

(t)
j W

(t),H
j HDC,iF

(t)
RF,i + F

(t),H
RF,i H

H
S,iW

(t)
i Q

(t)
i W

(t),H
i HS,iF

(t)
RF,i.

8: Update F
(t)
BB,i =

(
T̃

(t)
i + µ̃

(t)
i F

(t),H
RF,i F

(t)
RF,i

)−1

F
(t),H
RF,i H

H
DC,iW

(t)
j Q

(t)
j , where µ̃

(t)
i is determined by the bisection

algorithm to meet
∥∥∥F(t)

RF,iF
(t)
BB,i

∥∥∥2
F
≤ σ2

p,i.

9: Update F
(t)
RF,i according to proposition 2.

10: t = t+ 1.

11: until t ≥ T is reached.

on minimizing Eqn. (44). For this, FBB,i and FRF,i are iteratively optimized. By fixing FRF,i,

optimal F?
BB,i can be obtained as the derivation of F?

i , i.e.,

F?
BB,i =

(
T̃i + µ̃iF

H
RF,iFRF,i

)−1

FH
RF,iH

H
DC,iWjQj, (45)

where T̃i = FH
RF,iH

H
DC,iWjQjW

H
j HDC,iFRF,i + FH

RF,iH
H
S,iWiQiW

H
i HS,iFRF,i, and µ̃i is the

power controlling factor making
∥∥FRF,iF

?
BB,i

∥∥2

F
≤ σ2

p,i. Subsequently, we can utilize proposition

2 to optimize FRF,i by solving

arg min
FRF,i

Tr
(
F?,H

BB,iF
H
RF,iTiFRF,iF

?
BB,i

)
− 2<

{
Tr
(
F?,H

BB,iF
H
RF,iH

H
DC,iWjQj

)}
s.t. |[FRF,i]k1,k2| = 1, ∀k1, k2.

(46)

To this point, the hybrid beamforming set H can be iteratively optimized according to Algo-

rithm 1.

V. SIMULATION RESULTS

We assume that the two TX’s pilot/transmit power is identical, so is the two RX’s noise

power, i.e., σ2
p,1 = σ2

p,2 = σ2
p and σ2

n,1 = σ2
n,2 = σ2

n. The noise power is set as −90 dBm.

All arrays are assumed to be uniform squared arrays, with Ni,t = Nj,r = 64,∀i, j = 1, 2,

L = 256, and Mi,t = Mj,r = Nst,i = Nst. The array spacing D0 = 20λ and relative angle

ω = 0. We assign the two TRXs the same training pilot length for channel estimation, i.e.,

NS,Y = NS,X = NS , NDj ,Y = NDi,X = ND, NCj ,Y = NCi,X = NC , ∀i, j = 1, 2. The look-
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Fig. 3: NMSE of estimated SI channel versus

NS with σ2
p = 30 dBm.

Fig. 4: NMSE of estimated direct channel

versus ND with σ2
p = 20 and 30 dBm.

ahead parameter I for LAOMP is set to 5. For channel parameters, we employ the 28 GHz

mmWave channel setting in [41]. Following Table. I in [41], we assume that path gains follow

CN (0,ℵ10−0.1PL), where ℵ = ε1.8
1 100.1ε2 with ε1 ∼ U(0, 1) and ε2 ∼ CN (0, 16). Besides,

PL = ζ1 + 10ζ2log10(d′) +N (0, σ)[dB] with d′ denoting the distance in meters, where ζ1 = 72,

ζ2 = 2.92 and σ = 8.7 for NLoS paths, and ζ1 = 61.4, ζ2 = 2 and σ = 5.8 for LoS paths.

All channels’ number of paths is uniformly distributed in [2, 5]. Moreover, we fix the distance

between the BS and the RIS as 45 m, and assume that the distance in meter between the BS

and the UE, and between the RIS and the UE are uniformly distributed in [25, 65] and [1, 20],

respectively. Particularly, the one-way distance between the scatter and the BS/UE for SI NLoS

channel model is uniformly distributed in [15, 30] meters.

A. Channel Estimation Error

First, we use the normalized MSE (NMSE) to evaluate the channel estimation performance,

which is defined as E{‖H−Ĥ‖2
F/‖H‖2

F} with H and Ĥ denoting the true and estimated channels,

respectively. In Fig. 3, we exhibit the NMSE performance of the estimated UE’s SI NLoS channel

when NS ranging from 16 to 64, where σ2
p = 30 dBm. We denote OMP/LAOMP under the K-

CS and KR-CS frameworks by K-OMP/K-LAOMP and KR-OMP/KR-LAOMP, respectively. It

can be observed that KR-OMP/KR-LAOMP outperforms K-OMP/K-LAOMP since the former

utilizes the angular-domain reciprocity to reduce the redundant dictionary size for better atom

matching. In other words, K-CS is easier to fall into the local optimal solution than KR-CS.

Besides, KR-CS is faster than K-CS, which is shown in later complexity analysis. Moreover, we
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Fig. 5: NMSE of estimated BS’s and UE’s

AoA/AoD versus NC .

Fig. 6: NMSE of estimated RIS’s AoA/AoD

versus Q.

can see that LAOMP-based methods are better than OMP-based methods in terms of NMSE due

to the look-ahead procedure, and off-grid methods achieve a significant performance improvement

by addressing the basis mismatch problem. In later simulations, OMP is not applied for the

benchmark.

Next, we evaluate our proposed D-LAOMP for direct channel estimation. To intuitively reflect

our proposed method’s advantage, we assume the SI channel is perfect such that we can

completely eliminate the influence of the SI pilot when estimating the direct channel. Fig. 4

shows the NMSE performance of the two methods with changing pilot length (ND ∈ [16, 64]),

and σ2
p = 20 and 30 dBm, where LAOMP/off-grid LAOMP follows the normal channel estimation

procedure, i.e., estimating the DL or UL channel with LAOMP/off-grid LAOMP algorithms,

respectively. It is shown that our proposed D-LAOMP and off-grid D-LAOMP methods for joint

DL-UL channel estimation have a good performance improvement. From another perspective,

when a certain NMSE is specified, our proposed frameworks can conduct channel estimation

with less pilot overhead.

In Fig. 5, the NMSE performance of our proposed two-stage D-M-LAOMP method for BS’s

and UE’s parameter estimation is shown, where NC ranges from 16 to 64, and pilot power is set to

20 and 30 dBm, respectively. Since the BS’s and UE’s parameters are estimated with the fixed RIS

phase matrix V0, here the NMSE is expressed as E{‖HRV0HT− ̂HRV0HT‖2
F/‖HRV0HT‖2

F}.

From Fig. 5, it can be shown that our proposed two-stage D-M-LAOMP/off-grid D-M-LAOMP

has a significant performance improvement compared with two-stage M-LAOMP/off-grid M-

LAOMP. This further demonstrates the advantage of joint DL-UL training. Moreover, the NMSE
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Fig. 7: SE versus INR with σ2
p = 10 dBm. Fig. 8: SE versus INR with σ2

p = 20 dBm.

performance of RIS’s AoA/AoD estimation (angular-domain cascaded channel estimation) is

shown in Fig. 6, where the NMSE of the angular-domain cascaded channel is defined as E{‖Ξ−

Ξ̂‖2
F/‖Ξ‖2

F}. It can be observed that our proposed off-grid LAOMP can achieve a good NMSE

performance with an appropriate number of measurements Q.

B. Spectral Efficiency

To show the effectiveness of our proposed H-WMMSE-SIC method with perfect channels, the

following benchmarks are employed: fully-digital WMMSE-SIC, M-LAOMP-based WMMSE-

SIC, proposed H-WMMSE-SIC, ideal FD, and ideal HD. For concreteness, M-LAOMP-based

WMMSE-SIC aims to directly decouple the fully-digital WMMSE precoder/combiner with M-

LAOMP, this decoupling way is similar to sparse hybrid beamforming [14]. Ideal FD means

there is no SI between the TRX arrays, i.e., the SI channel is set to a null matrix. Ideal HD

denotes the SE of UL or DL. Considering the energy fairness mechanism, FD and HD have the

same energy, such that the power consumption of HD is set to 2σ2
p . As our previous statement,

passive SIC techniques and the analog/digital circuit can be helpful for SIC. Thus, we consider

a changing residual SI to evaluate the impact of different SI power on our proposed method.

Recalling the SI LoS channel’s path loss is γLoS, we define the interference-to-noise ratio (INR)

as (γLoS)2/σ2
n. Here we just adjust the SI LoS channel’s path loss according to the INR, the SI

NLoS channel’s path loss follows the channel parameter setting described before.

In Fig. 7 and 8, we plot the SE performance with INR ranging from 20 to 55 dB, where

the transmit power σ2
p is fixed as 10 and 20 dBm, and the number of data streams Nst is set

to 4. It is shown that fully-digital WMMSE-SIC can approach its ideal case without the SI,
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Fig. 9: SE versus σ2
p with INR = 35 dB and

Nst = 4.

Fig. 10: SE versus Nst with INR = 35 dB and

σ2
p = 20 dBm.

demonstrating the excellence of WMMSE used for SIC. A direct solution for hybrid beam-

forming, i.e., decoupling the fully-digital WMMSE-SIC solution into the digital and analog

beamforming with M-LAOMP, has much performance loss since 1) it doesn’t consider the

optimal solution for analog beamforming and digital beamforming separately, 2) limited number

of RF chains will significantly impact the performance, and 3) the two decoupling errors of

fully-digital precoder F and fully-digital combiner W will affect the performance together. In

constrast, our proposed H-WMMSE-SIC, which iteratively updates analog/digital beamforming

in the WMMSE procedure for an optimal solution in each iteration, outperforms M-LAOMP-

based WMMSE-SIC and approaches fully-digital WMMSE at an appropriate INR. Moreover,

the SE of ideal HD is about half of that of ideal fully-digital WMMSE-SIC, and it can exceed

half owing to the energy fairness mechanism.

Fig. 9 exhibits the SE performance with σ2
p varying from −5 to 30 dBm, where INR and

Nst are set as 35 dB and 4, respectively. As the power σ2
p increases, the SE difference between

ideal FD and ideal HD becomes large, as well as between our proposed H-WMMSE-SIC and

M-LAOMP-based WMMSE-SIC. On the other hand, we can see these FD methods under ideal

conditions have a good performance, and the gap among them is small. To explore the impact

of the number of transmit/receive data streams Nst on different schemes, we plot in Fig. 10 the

SE curves of different schemes with the changing Nst, where σ2
p and INR are set to 20 dBm and

35 dB, respectively. It can be observed that as Nst becomes larger, the gap between the fully-

digital beamforming and hybrid beamforming becomes smaller. This is because the restricted

available spatial rank limits the spatial capacity, large Nst has little impact on the growth of SE.
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In contrast, hybrid beamforming will approach fully-digital beamforming due to the assumption

that the number of data streams equals to that of RF chains. From Fig. 10, our proposed H-

WMMSE-SIC can achieve a near-optimal SE compared to fully-digital WMMSE-SIC when the

number of RF chains is larger than 5. However, the direct solution, M-LAOMP-based WMMSE-

SIC, requires a large number of RF chains to achieve a near-optimal solution.

C. Computational Complexity Analysis

For one MMV sparse recovery form Y = AX with A ∈ CM×N and X ∈ CN×R, the

per-iteration complexity (PIC) of OMP and LAOMP with I look-ahead loops are O(MN) and

O(IMN), respectively. Since the PIC difference between OMP and LAOMP is only the constant

I, we will give the PIC of our proposed channel estimation schemes with OMP for clarity. Con-

sidering Eqn. (15) with KR-CS for SI channel estimation, the PIC is O(NS,XNS,YG). However,

using K-CS for Eqn. (14), the PIC will be O(NS,XNS,YG
2). This is because the angular-domain

reciprocity helps SI channel estimation remove the redundant information. In other words, KR-

CS is the special case of K-CS when determining that non-zero elements are on the diagonal

of the matrix to be recovered. With Eqn. (18), the PIC of direct channel estimation can be

easily obtained as O(max{ND2,XND1,YG
2, ND1,XND2,YG

2}). For cascaded channel estimation,

the first stage of BS’s and UE’s channel parameter estimation, i.e., solving Eqn. (21), dominates

the PIC complexity of O(max{NC1,YNC2,XG,NC1,XNC2,YG}). Furthermore, the complexity of

off-grid methods after CS recovery can refer to [38], [39].

For beamforming, passive beamforming only needs to be executed once with the inverse

operation of O(L3). Then we analyze the complexity of hybrid beamforming with PIC, here

PIC refers to a loop of Algorithm 1. Suppose that Ni,t = Nj,r = N̊ and Mi,t = Mi,r = M̊ for

∀i, j = 1, 2, and M̊ � N̊ . Looking at Algorithm 1, Step 3, 4, 6, and 7 incur a PIC of O(N̊2M̊)

by computing the product of one (N̊ × N̊)-dimensional channel matrix and one (N̊ × M̊)-

dimensional matrix. Particularly, according to proposition 2, Step 5 and 9 result in a PIC of

O(X M̊2N̊2) due to the computation of νk1,k2 in each iteration. Finally, Step 8 requires a PIC

of O(VN̊2M̊) with V denoting the number of performing the bisection algorithm to meet the

power constraint. Overall, the whole PIC of Algorithm 1 is O(max{X M̊2N̊2,VN̊2M̊}).

VI. CONCLUSIONS

The RIS-aided mmWave FD technique has a great potential in achieving high SE and low

latency. In this regard, this paper has proposed efficient methods regarding channel estimation,
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passive beamforming, and hybrid beamforming. Unlike the usage of the traditional channel

matrix reciprocity in some papers, we have demonstrated the existence of the angular-domain

reciprocity inherent in mmWave FD systems, which is more appropriate for building spatial

correlations between the TX and RX arrays. Based on this, SI channel estimation with KR-CS

is developed for faster running time than that with K-CS. Additionally, D-CS and two-stage D-M-

CS frameworks are proposed for direct and cascaded channel estimation, respectively. Under the

proposed CS frameworks, different variant LAOMP algorithms and their off-grid solutions are

developed. Simulations have exhibited that they outperform the conventional estimation methods

without joint signal processing (i.e., the angular-domain reciprocity is not considered). Moreover,

the optimization of passive and hybrid beamforming has been investigated by maximizing the SE

while suppressing the SI. First, using the angular-domain cascaded channel, passive beamforming

is optimized for improving the cascaded channel capacity. Along with this, a H-WMMSE-SIC

algorithm, mining the hybrid beamforming design and the interference elimination advantage

of WMMSE, is proposed for maximizing the spatial multiplex gain while minimizing the SI.

Simulations have shown its excellence in terms of SIC with a high INR. Meanwhile, we show

that H-WMMSE-SIC has a low computational complexity.

APPENDIX A

Recalling Eqn. (5), we have

Rr,(nzr ,n
y
r ) =

√
R2 − 2R (nyrdΨazi + ((D0 +N z

t d) + nzrd)Ψele) + (nyrd)2 + ((D0 +N z
t d) + nzrd)2

≈R− nyrdΨazi − ((D0 +N z
t d) + nzrd)Ψele +

(nyrd)2

2R

(
1− (Ψazi)2

)
+

((D0 +N z
t d) + nzrd)2

2R
(1−

(
Ψele)2

)
+
nyrd((D0 +N z

t d) + nzrd)ΨeleΨazi

R
+ ... .

(47)

Ignoring items above the square, the phase error is less than or equal to 2π
λ

( (nyrd)2

2R
+

((D0+Nz
t d)−nzrd)2

2R
).

Thus, when

(nyrd)2

2R
+

((D0 +N z
t d) + nzrd)2

2R
≤ (nyrd)2

2Rmin

+
((D0 +N z

t d) + nzrd)2

2Rmin

≤ (Ny
r d)2

2Rmin

+
((D0 +N z

t d) +N z
r d)2

2Rmin

≤ λ

2π
δmax,

(48)

we obtain D0 ≤
√

λ
π
Rminδmax − (Ny

r d)2 −N z
t d−N z

r d. The proof is complete.
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APPENDIX B

Here we give the proof of proposition 2. First, we define the objective function f(R) ,

Tr
(
BHRHURB

)
+ 2<

{
Tr
{
BHRHF

}}
, which can be expressed as a quadratic form w.r.t.

[R]k1,k2 , i.e., f([R]k1,k2) , κ|[R]k1,k2|2 − 2<{ν∗k1,k2 [R]k1,k2}, where κk1,k2 and νk1,k2 are derived

as follows. According to [42], we can obtain

∂f(R)

R∗
= URBBH − FBH ,

∂f([R]k1,k2)

[R∗]k1,k2
= κk1,k2 [R]k1,k2 − νk1,k2 . (49)

Due to [∂f(R)
R∗ ]k1,k2 =

∂f([R]k1,k2 )

[R∗]k1,k2
, it can be known that

[URBBH−FBH ]k1,k2 =
∑
k3

∑
k4

[U]k1,k3 [R]k3,k4 [BBH ]k4,k2 − [FBH ]k1,k2

= [U]k1,k1 [R]k1,k2 [BBH ]k2,k2 +
∑
k3 6=k1

∑
k4 6=k2

[U]k1,k3 [R]k3,k4 [BBH ]k4,k2 − [FBH ]k1,k2

= κk1,k2 [R]k1,k2 − νk1,k2 .
(50)

Hence we have κk1,k2 = [U]k1,k1 [BBH ]k2,k2 , and νk1,k2 =
∑

k3 6=k1

∑
k4 6=k2[U]k1,k3 [R]k3,k4 [BBH ]k4,k2−

[FBH ]k1,k2 . Recalling the optimization problem minf(R), subject to |[R]k1,k2| = 1, ∀k1, k2,

which is equivalent to

arg min
[R]k1,k2

− 2<{ν∗k1,k2 [R]k1,k2}, s.t. |[R]k1,k2| = 1. (51)

We can get the optimal solution [R]k1,k2 =
νk1,k2
|νk1,k2 |

. With the manner that iteratively updates

each element while fixing other elements, all elements of R can be optimized. Overall, X loops

are performed, with each loop optimizing all elements of R, for performance guarantee.
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