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Abstract—Field-Programmable Gate Array (FPGA)-based
Software-Defined Radio (SDR) is well-suited for experimenting
with advanced wireless communication systems, as it allows to al-
ter the architecture promptly while obtaining high performance.
However, programming the FPGA using a Hardware Description
Language (HDL) is a time-consuming task for FPGA developers
and difficult for software developers, which limits the potential
of SDR. High-Level Synthesis (HLS) tools aid the designers by
allowing them to program on a higher layer of abstraction.
However, if not carefully designed, it may lead to a degradation
in computing performance or significant increase in resource
utilization. This work shows that it is feasible to design modern
Orthogonal Frequency Division Multiplex (OFDM) baseband
processing modules like channel estimation and equalization
using HLS without sacrificing performance and to integrate
them in an HDL design to form a fully-operational FPGA-based
Wi-Fi (IEEE 802.11a/g/n) transceiver. Starting from no HLS
experience, a design with minor overhead in terms of latency
and resource utilization as compared to the HDL approach was
created in less than one month. We show the readability of the
sequential logic as coded in HLS, and discuss the lessons learned
from the approach taken and the benefits it brings for further
design and experimentation. The FPGA design generated by HLS
was verified to be bit-true with its MATLAB implementation
in simulation. Furthermore, we show its practical performance
when deployed on a System-on-Chip (SoC)-based SDR using a
professional wireless connectivity tester.

I. INTRODUCTION

As opposed to Commercial Off-The-Shelf (COTS) wireless
chipsets, Software-Defined Radio (SDR) platforms enable
researchers to experiment and prototype innovative solutions
more freely. However, due to the low-latency and high data
rate requirements of current and future communications stan-
dards, using a general purpose processor for the baseband
signal processing is often not feasible. Even when these high-
demanding tasks are offloaded to a hardware accelerator, the
interface between the accelerator and the operating host forms
a bottleneck [[1].

A System-on-Chip (SoC), consisting of a Central Processing
Unit (CPU) and Field-Programmable Gate Array (FPGA) with
high-speed interconnection, is a suitable platform for high-
performance systems, while preserving flexibility. Nonethe-
less, creating Register-Transfer Level (RTL) designs for the
FPGA using a Hardware Description Language (HDL) re-
quires explicit specification of each operation on a per clock
cycle basis, and its verification is a time-consuming process.

High-Level Synthesis (HLS) tools allow the designer to work
on a higher level of abstraction in a programming language like
(System)C, C++ or OpenCL, which may shorten the design
cycle significantly. Naturally, this approach often comes at
the cost of additional hardware resources or lower computing
performance [2].

In this paper we show that a significant part of the receiver
architecture of openwifi [3]], an SDR-based IEEE 802.11a/g/n
(Wi-Fi) wireless transceiver originally written in Verilog, can
be replaced by HLS modules with acceptable overhead. This
allows for more flexibility in adapting the existing design,
which is required, e.g., to support 802.11ax (Wi-Fi 6), that
should be able to handle more configurations in the baseband
to support Orthogonal Frequency Divison Multiple Access
(OFDMA). HLS also helps to explore and test different
algorithms, e.g., for better resistance to multi-path fading in a
real-world environment. Converting a high-level design (using
e.g. MATLAB) to HLS code requires much less effort than
rewriting a large part of the HDL to align the operations on a
clock-cycle level. This speeds up the verification process using
prototypes in a real-life environment, which is important for
wireless research.

Starting from the existing bit-true MATLAB implementation
of the HDL design, as designers with no HLS experience,
functionally equivalent channel estimation and equalization
modules were created in about two weeks. The created parts
consist of both data and control paths, such that they operate as
standalone modules that can be easily integrated in the existing
system. Only little effort in guiding the HLS tool was needed
to create a design that meets the latency requirements and
could be deployed on a SoC with limited capacity in terms
of FPGA resources, to form a fully-operational transceiver.
This took again around two weeks. We present the similarities
between the MATLAB code that was used as reference, and
the HLS code written in C++ using Vitis HLS by AMD Xilinx.
This approach of wireless baseband prototyping opens oppor-
tunities for wireless system designers that are less familiar
with digital hardware design. However, further optimization
in terms of hardware utilization requires more effort as will
be discussed in later sections.

The remainder of the paper is organized as follows: first, we
present related work on this topic; then, we describe the system
architecture, followed by our design flow and lessons learned



from this approach; afterwards, we present and discuss the
results in terms of resource utilization, computing performance
and a validation using a professional wireless connectivity
tester.

II. RELATED WORK

Several work has been done on using HLS for FPGA-based
SDR applications, as shown below.

WARP Project [4] is an IEEE802.11a/g/n compatible imple-
mentation using a dedicated hardware platform. The included
FPGA is programmed using Xilinx System Generator, which is
generally considered still a rather low-level approach. It blends
MATLAB code, Simulink blocks and blackboxes consisting of
Verilog code, which makes it difficult to maintain and extend.
Transmitter and receiver benchmarks show that the design
performs better than required by the standard. The design
consumes a relatively large amount of resources, namely 71k
Look-Up Tables (LUTs), 80k Flip-Flops (FFs), 216 Block
Random Access Memory (BRAM) tiles and 194 Digital Signal
Processing blocks (DSPs).

In [5], multiple hardware/software co-design variants for
an IEEE 802.11a transceiver with BPSK modulation and
1/2 coding rate are explored. The authors use MathWorks
HDL Coder™ [6] to generate the programmable logic from
a dataflow model using built-in Simulink blocks. They show
the execution speed and resource utilization when placing the
hardware/software split at different points in the transmitter
(Tx) and receiver (Rx) chain. The Rx implementation alone
did not fit on the Xilinx ZedBoard [7]], but the combined Rx/Tx
design fitted on a ZC706 [8]]. Evaluation of the designs by bit
error rate measurements is left for future work.

In [9], the authors explore four different methodologies
for FPGA-based SDR design, namely using HDL or HLS,
both using either script-based or Graphical User Interface
(GUI) tools. An IEEE 802.15.4 (ZigBee) transceiver was
implemented using each approach and their features are
compared. They conclude that the development time using
HLS is reduced considerably. For verification, they show the
transmitted and received baseband signal, and the spectrum
of a single transmitted waveform was compared against a
reference signal’s spectrum, however also no bit error rate
measurement is conducted. Following the conclusions of this
work, in [[10]] the authors present a Domain Specific Language
(DSL) for frame-based modeling of an SDR transceiver. A
case study based on an IEEE 802.11a transceiver is discussed,
but it is not clear how the design is verified and the result is
not compared with an HDL implementation.

The work in [[11] is another extension to the aforementioned
work. Here the authors explore HLS for implementing parts of
an IEEE 802.11g transmitter and 802.15.4 transceiver. More
specifically, the proposed FPGA-SDR design flow uses the
DSL that leverages a library of signal processing IPs, which a
waveform compiler then assembles and converts into an RTL
description using HLS tools. Throughput/area tradeoffs when
using different iteration intervals and duplication factors for
the loops of the correlation bench of the 802.15.4 receiver are

visualized using graphs. The 802.15.4 transmitted waveform
when the RTL description was synthesized and deployed on
an FPGA platform was verified with a Vector Signal Analyzer,
which showed the demodulated constellation. For the 802.11g
waveform, only its transmitted spectrum is shown.

The authors of [12] present an implementation of the IEEE
802.11a standard using HLS and a hardware/software co-
design approach. The different components are compared to
full software or hardware designs in terms of processing speed,
power consumption and hardware or software cost. While the
design fits on the Xilinx ZC706 [8]], there is no evaluation of
the overall transmitter or receiver performance.

The work in [13] presents the design and verification flow
using HLS for the Fast Fourier Transform (FFT) and Viterbi
decoding blocks of an IEEE 802.11ah baseband processor. The
performance tuning steps taken to arrive at an acceptable de-
sign in terms of latency and resource utilization are discussed
and it follows that drastic improvements can be achieved when
doing this properly.

Other parts of the processing chain of a wireless transceiver
that have been designed using HLS are a self-interference
canceller [[14]], digital down converter [[15]], encryption engine
[16], low-density parity check decoder [17], [18] and turbo
decoder [19[]-[21].

In short, most of the works focus on the design methodology
to develop a part of the baseband processing using HLS. They
provide the resources used and processing time, but mostly
did not provide performance analysis for the transceiver itself.
Our work advances further as (i) it uses HLS for a core part of
an OFDM receiver and integrates it to form a fully-operational
transceiver, (ii) it provides thorough performance analysis, and
(iii) it is benchmarked against an HDL equivalent design.
We believe the steps taken and achievement in this work are
valuable for the community when designing future baseband
processing modules.

III. SYSTEM ARCHITECTURE

In this work we focus on the receiver baseband architecture
of a 20MHz bandwidth Single-Input Single-Output (SISO)
Wi-Fi transceiver. As opposed to the transmitter, which has a
more straightforward approach, the receiver needs specialized
processing blocks to cope with the noise, carrier and sampling
frequency offset, and channel impairments of the received sig-
nal. Here we describe a typical receiver baseband processing
chain for Orthogonal Frequency Division Multiplex (OFDM)-
based Wi-Fi systems, partly based on the architecture provided
by OpenOFDM [22].

A. Algorithmic specification

A diagram of the receiver’s architecture is illustrated in
Figure [I] Figure [2] shows the frame structure for 802.11a/g
(Legacy) and 802.11n (High Throughput, HT) packets. It also
illustrates the processing timeline of Legacy packets.

Packet detection is done by calculating the auto correlation
metric of the incoming complex I/Q samples with the known
sequence of the Legacy Short Training Field (L-STF). The
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Fig. 1. Schematic diagram of an OFDM receiver baseband processing chain
with the steps of the blocks to be rewritten using HLS.
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Fig. 2. IEEE 802.11 Legacy and HT frame structures together with the

processing timeline of Legacy packets. The colored boxes correspond to the
blocks in Figure [T}

carrier frequency offset is estimated using this sequence and
corrected for at each following symbol. After this, the FFT is
performed to convert the signal from the time domain to the
frequency domain.

In this work, we specifically targeted the Channel Estima-
tion and Subcarrier Equalization blocks to be implemented
using HLS, because these are where most changes are expected
for performance improvement or when extending the receiver
towards newer Wi-Fi standards. These modules are needed
to remove the channel impairments and sampling frequency
offset from the received signal. Channel estimation is done by
comparing the received Long Training Field (LTF) with the
reference sequence. In this way, the Channel State Information
(CSI) per subcarrier can be estimated:

H[i] = Lg[i] x Lrli], (1)

where H is the estimated CSI in frequency domain, Ly is
the received symbol and L is the known sequence (either
valued +1 or -1), given at each active subcarrier index i. For
the Legacy part, the calculation is performed by an average of
the two received L-LTF symbols, each consisting of 52 active
subcarriers. For the HT part, the one-symbol HT-LTF with 56
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Fig. 3. LVPE across the subcarriers given by a CPE and PEG.

active subcarriers is used. The indices of all subcarriers range
from -31 to 32.

In order to reduce the noise of the CSI, it can be smoothed
by a moving average filter spanning multiple subcarriers, but
this may lead to distortion under a frequency-selective channel.
Therefore, this operation is optional and for HT, a transmitter
can recommend doing this by setting a bit in the HT Signal
(HT-SIG) field.

For each of the Signal and Data symbols, first the sampling
frequency offset is estimated as Linear Varying Phase Error
(LVPE) defined by a Common Phase Error (CPE) and Phase
Error Gradient (PEG) across the subcarriers, as shown in
Figure [3] [23]. The estimation is done based on the pilot
subcarriers, which are modulated using Binary Phase Shift
Keying (BPSK), following a pseudo-random known sequence.
Therefore, for each symbol, the polarity of the pilots, denoted
by P, has to be traced. As a first step, the CPE, which is the
offset of the LVPE for the current symbol, can be calculated
as follows:

CPE = /() _ X[i] x P[i] x HIi]), 2)
il
where X is the conjugate of the incoming symbol and I are
the indices of the pilot subcarriers. Then the PEG of the LVPE
can be derived by linear regression assuming the intercept at
subcarrier index O is now zero:

Sieri - £ (X x Pli) x Hlil)
2ier®
To avoid abnormally large differences in the PEG of adjacent
OFDM symbols, the accumulated PEG of the previous sym-
bols can be tracked. Then first the pilots of the current symbol
are corrected by the accumulated PEG and only an incremental
PEG is estimated and added to the accumulated PEG for the
current symbol.
The LVPE at each data subcarrier is then calculated as:

LVPE[i] = CPE +i - PEG. 4)

PEG = 3)

Finally, LVPE correction is performed by rotating the subcarri-
ers by the opposite of the resulting phase error. After this, the
symbol corrected for LVPE (X’) is equalized. This is done
by normalizing the signal with the estimated CSI, which is
typically done by zero-forcing:

(&)



where Y is the resulting symbol that will be fed to the
demodulating/decoding block.

B. Performance criteria

The aforementioned operations should be accurately orga-
nized, especially when they require conditional processing.
The HLS tool can be of help here, but in order to guide the
tool, it is important to know which performance the design
should achieve.

1) Resource utilization: In terms of hardware, the targeted
SoC with lowest capacity in terms of FPGA resources is
the Xilinx Zyng-7000 SoC Z-7020 [24], which resides for
example on the ZedBoard. It has 53,200 LUTs, 106,400 FFs,
140 BRAMs (of 36Kb each) and 220 DSPs. For reference,
the utilization of the HDL implementation of the channel
estimation and equalizer blocks, as well as the full openwifi
design, is given in Table [I] in Section [V]

2) Computing performance: The channel estimation is
based on either the L-LTF or HT-LTFE. Its result should be
available before the data symbol can be equalized. The 64-
point FFT block that provides input to the channel estimation
and equalization block, processes the incoming I/Q samples
(16-bit each), that are sampled at 20MHz, symbol per symbol.
Depending on the Guard Interval (GI) used there are 80 (long
GI) or 72 (short GI) time-domain samples per symbol, result-
ing in a symbol duration of 4.0 and 3.6us, respectively. This
means that the channel estimation result should be available
within 3.64s, such that it can be used for the symbol coming
afterwards.

The main performance criterion for the equalizer is a
minimum throughput as induced by the throughput of the FFT
block. After removing the GI, there are 64 frequency domain
samples per symbol, generated in one burst at one sample per
clock cycle, that need to be processed. Therefore, the equalizer
should be able to handle 64 samples per symbol duration,
resulting in 17.8 samples per ps when using a short GI. Next
to this, the overall decoding latency should be kept low such
that an acknowledgement (ACK) to a received frame can be
sent after the Short Interframe Space (SIFS) of 16us [25].

IV. APPROACH
A. Design flow

As starting point we use a bit-true model of the HDL design
which is implemented in MATLAB. However, there remains
a significant amount of work to make it compatible with
MATLAB HDL Coder’s input requirement [|6], which makes
this approach not attractive. Since our target platforms are
Xilinx boards, we chose to use C++ within Vitis HLS by AMD
Xilinx [26], but the approach taken should be generic for any
HLS tool. Converting the algorithms from MATLAB to C++
requires minor effort (around three days in our case). In HLS
we use Arbitrary Precision (AP) data types that correspond to
the HDL implementation, which are emulated by truncating
and rounding operations in MATLAB. Input and output files
to be used with testbenches are created with MATLAB to
verify the correctness of the algorithms using C simulation.

After inserting pragmas to optimize performance and re-
source utilization, C/RTL co-simulations are performed to
confirm that the design meets the requirements. After inte-
grating the HLS generated parts with the rest of the HDL-
based baseband processing, the complete RTL receiver design
is verified in simulation by generating packets with random
configurations in MATLAB and reading them in the HDL-
based testbench. The HLS generated RTL design is confirmed
to be bit-true with the MATLAB implementation. It proved
that having such a reference is highly desired not only for the
initial design phase, but also to discover discrepancies before
deployment.

The open-source code is available at [27]. An application
node of how to use the HLS code with openwifi is given at
[28]. As an example, we present the HLS code of the main
loop of the top-level equalizer function, as shown in Listing

m

Listing 1. HLS code for the equalizer loop.

cplx16 symbol_iq[64]; intl6 cpe;cplxl6 lts_pilot[4];
uintl current_polarity [4]; intl8 sym_phase[64];
int24 Sxy; uint7 length, pol_nr; uint6s% arr;
for (uintl2 i=0; i<nof_ofdm_sym; i++) {
#ipragma HLS ALLOCATION function instances=

lvpe_correction limit=1

for (uint7 j=0; j<64; j++) {
#pragma HLS PIPELINE

symbol_iq[j] = sample_in.read () ;

pol_nr = get_polarity (current_polarity , ht,
pol_nr);

cpe = cpe_estimate (symbol_iq, lts_pilot ,
current_polarity);

lvpe_correction (sym_phase, cpe, acc_PEG, 0,

pilot_loc , 4); // pilots only
Sxy = peg_estimate (symbol_iq, sym_phase,
Its_pilot, current_polarity);
acc_PEG = lvpe_correction (sym_phase, cpe,
acc_PEG, Sxy, arr, length); // data
equalizer_per_sym (symbol_iq, sym_phase,
sample_out, new_Its, arr, length);
}
Like in the MATLAB specification, the subfunctions (high-
lighted in red) inside the equalizer are called sequentially.
This significantly enhances the comprehensibility of the code.
Also, no specific timing related logic resides in the code as
this task is offloaded to the HLS scheduler. Therefore, adding
functionality or modifying the algorithms does not require
manual adjustments regarding timing, as would be the case
using an HDL approach.

B. Optimization strategies

Next we list some of the lessons learned from the opti-
mization process. The HLS dataflow pragma (task-level
parallelism) was not applied in the top-level function, because
there is data-dependency between the functions. All loops in
the subfunctions itself are pipelined with the default iteration
interval of 1 clock cycle, by directing the HLS tool to do so in
order to make sure the design meets the latency requirements.
Hardware duplication of the Ilvpe_correction instance was
avoided by limiting its allocation to one. The phase calculation
and rotation of I/Q samples are realized by lookup tables for



the sine, cosine and arc-tangent functions with limited integer
resolution, which is in accordance to the original openwifi
HDL implementation. Using the HLS Math Library for these
trigonometric functions would lead to high resource utilization
with unnecessary high resolution.

The design consists of several division operations, which
require a lot of hardware, especially when low latency is
required. For example, the division from Equation [5] should be
done for both the real and imaginary part of an FFT output.
When using the HLS allocation pragma to limit this
sdiv operation to one, the design could already not meet the
latency requirements. This is because it increased the iteration
interval of the loop through all subcarriers considerably, as
it could not parallelize the two operations anymore. This
optimization is therefore discarded.

To ease the HLS scheduler’s work, conditions inside the
subfunctions should be avoided as much as possible. There-
fore, although the incoming subcarriers arrive in order, the
best performance was obtained when writing them all to an
array (which gets synthesized as a BRAM), because out of
the 64 incoming subcarriers only the active ones need to be
processed. A static array containing the indices of the active
subcarriers, which will be synthesized as Read-Only Memory
(ROM), is then used to read from the array. This removes the
need for conditional statements in the loops, while only the
number of loop iterations (as given by the parameter length)
varies. The latter is well handled by the HLS scheduler.

Moreover, since the operations of multiple subfunctions
depend on whether the Legacy or HT part of a packet is
handled, the best performance was achieved when evaluating
this condition before the main equalize loop. This requires to
restart the equalizer module when switching from Legacy to
HT, which has to be done when integrating the modules in the
existing HDL design. Integration requires minor effort, as Vitis
HLS automatically generates suitable interfaces for the block-
level handshakes it generates and function arguments defined
in C++. This allows us to easily restart the HLS modules
and provide the necessary inputs in the top-level HDL state
machine, which can be found in verilog/dotl1.v in [27].

V. RESULTS AND DISCUSSION
A. Hardware utilization

We evaluate the designs created using both HDL and HLS
in terms of their hardware utilization on a Xilinx ZedBoard
[7]], at a clock frequency of 100MHz. We compare the amount
of LUTs, FFs, BRAMs and DSPs after performing implemen-
tation in Vivado. We show the number of required parts for
each resource type in Table|l} The resource utilization reported
by Vivado after implementation is given in percentage relative
to the HDL approach, highlighted by either red or green digits,
depending on whether the usage is increased. For the complete
openwifi design, we also present the utilized percentage of the
total available resources on the ZedBoard.

Among the four types of FPGA resources, except for
the number of FFs, the utilization of the rest resources has
increased by the HLS modules. The extra LUTs consumption

is mostly due to the divider instances that are used in pipelined
loops in order to meet the latency requirements. Three divider
instances take up 4,636 out of the 6,833 LUTs. This could
not be shrunk by e.g. increasing the iteration interval. As a
comparison, these dividers in the HDL design are implemented
with a specific IP core, that provides comparable performance,
but takes up only 3,004 LUTSs. Thus, if it would be possible
to use these dedicated IPs, the HLS design ends up with
5,201 LUTs, which is less than the HDL implementation’s
consumption.

The increase in BRAMs usage of the HLS generated design
is due to the fact that arrays are used to store raw and processed
I/Q samples, as explained in Section In HDL these are
mostly handled in a streaming manner, leading to 1 additional
BRAM for channel estimation and 1.5 (3 16Kb-tiles) for
equalization. On the other hand, Vitis HLS automatically
uses BRAMs for the implementation of ROMs, but these can
be converted to LUTs by using the HLS bind_storage
pragma, which would save 1.5 BRAMs according to HLS
implementation.

Restricting the number of complex multiplication instances
across multiple subfunctions is possible using the HLS
allocation pragma in combination with function pointers.
This can further decrease the number of DSPs by 4, at the
cost of some minor increase in LUTs and FFs according to
HLS implementation. Removing pipelining or increasing its
iteration interval in some of the smaller loops (e.g. through the
pilot subcarriers) is possible, which results in slightly lower
LUT, FF and DSP utilization at the cost of some additional
latency. The amount of DSPs can be reduced by 3 in this way,
but when eliminating another 6 DSPs by removing pipelining
in larger loops, the throughput requirements could not be met.
The remaining additional 2 DSP modules used by HLS are
induced to perform a constant division, whereas a divider
module is used in HDL, which uses LUTs and FFs.

The impact on the total utilization of openwifi is limited.
It is slightly different than the difference between the channel
estimation and equalization modules due to to the logic to
integrate them. Furthermore, the phase calculation instance as
used in the equalizer is shared with another module in the
HDL variant, which saves LUTs and FFs.

B. Throughput and latency

The latency of the channel estimation is measured in simu-
lation by the time between the last I/Q sample of a symbol is
received at the input and produced at the output. We measure
the worst-case latency (including smoothing) to be 1.62us for
the Legacy part and 1.66s for the HT part (due to more active
subcarriers), which is well below the required 3.6us.

Next, we evaluate the equalizer and full openwifi design in
terms of latency for a Legacy and HT packet (with MCS 0).
For the openwifi design, the output is considered ready when
the result of the Frame Check Sequence (FCS) is available.
This is shown in Table

It can be seen that using HLS, the latency of the equalizer
is increased by around 0.30us per OFDM symbol for Legacy



TABLE I
HARDWARE UTILIZATION WHEN USING HDL OR HLS METHODOLOGY.

Design Methodology | LUT FF BRAM DSP

Channel Estimation HDL 5,417 100% 10,073 100% 1 100% 19 100%

and Equalizer HLS 6,833 126.1% | 7,208 71.6% | 5 500% 34 178.9%
HLST 5201 96.0% - - 3.5 350% 25 131.6%

openwifi HDL 34,630 (64.6%) | 100% 49,168 (46.2%) | 100% 111 (79.3%) | 100% 111 (50.5%) | 100%
HLS 36,867 (69.3%) | 106.5% | 48,815 (45.9%) | 99.3% | 115 (82.1%) | 103.6% | 126 (57.3%) | 113.5%

Derived from Vivado implementation report when using dedicated IP for the dividers and other resource optimizations (see Section [V-A).

TABLE 11 TABLE III
LATENCY OF THE EQUALIZER AND OPENWIFI USING HDL OR HLS. RECEIVER SENSITIVITY PERFORMANCE OF THE HDL AND HLS DESIGN.
. Latency Latency HDL_ HLS. COTS 130] |
Design Methodology Legacy (us) HT (us) MCS Received PER (%) Received PER (%) Rece':lye'r
- 350 353 power (dBm) power (dBm) sensitivity
Equalizer HDL 0 92.80 9.26 92.50 951 89 dBm
HLS 2.82 2.90 I 90.70 9.73 90,40 936 83 dBm
openwifi HDL 8.79 8.89 2 88.65 972 8855 9.75 -85 dBm
HLS 9.09 9.27 3 -86.05 9.71 -85.80 9.83 -83 dBm
4 -82.85 9.51 -82.75 9.66 -80 dBm
5 -77.70 9.21 -77.60 9.76 -76 dBm
packets and 0.38us for HT packets. The equalizer cannot |9 -76.05 9.50 7605 2.9 -74 dBm
7 -73.30 9.94 -73.30 9.83 -73 dBm

accept new samples after the full symbol is processed, meaning
that the burst of 64 samples at 100MHz from the FFT needs
to be added to this latency, leading to a worst-case throughput
of 18.1 samples per ws, which is higher than the required 17.8
samples per pus.

As expected, the increased latency of the equalizer leads
to the same increase for the overall openwifi design. This
limited increase in latency is acceptable since the design can
still meet the requirement of sending an ACK in time. Note
that the total latency depends on the number of bytes in the
last OFDM symbol due to the decoding process afterwards,
which is outside the scope of this paper.

C. Practical validation

The FPGA design with the HLS generated channel estimator
and equalizer is loaded on the ZedBoard and correctly interacts
with the Linux mac80211 subsystem running on the on-chip
CPU. It proves to be functional as it can find the available
Wi-Fi networks in the neighborhood, and a smartphone can
connect when the board operates as an Access Point (AP).

Next, we test the receiver performance of both the HDL and
HLS-enhanced design using a professional wireless connectiv-
ity tester — the R&S®°CMW270 [29]. The tester is set as an AP
in 802.11g(OFDM)/n 20MHz Signaling mode and the board
acts as a Station controlled by wpa_supplicant. The board
is connected to the tester using a coaxial cable with known loss
of 1.3dB. The receiver sensitivity tests are performed by letting
the tester generate 10,000 HT packets, each with 512 bytes as
payload. Upon successful decoding, the board sends back an
acknowledgement. The PER is calculated as the ratio of the
unacknowledged packets over the total transmitted packets.
The receiver sensitivity is defined as the received power at
which no more than 10% PER is achieved. This point is found
by changing the transmit power of the tester, from which we
derive the received power by compensating for the cable loss.
The results for the different Modulation and Coding Schemes

(MCS) are shown in Table For reference, the achieved
PER is given, as well as the receiver sensitivity of a COTS
chip [30] in 802.11n 20MHz mode.

It can be seen that the HDL-based and HLS-enhanced
designs show very comparable receiver sensitivity perfor-
mance, which is the anticipated result since they have similar
functional architecture.

VI. CONCLUSIONS AND FUTURE WORK

We explore the feasibility of using HLS to create baseband
processing modules for FPGA-based SDR applications in
order to accelerate the design flow. Starting from a MAT-
LAB implementation that is bit-true with the original HDL
design, a functionally equivalent C++ implementation of the
channel estimation and equalizer algorithms is created using
the Vitis HLS tool in about two weeks. After refactoring
and inserting pragmas to guide the tool, RTL designs are
generated that meet the throughput and latency requirements
set upfront. These are then integrated with a full HDL-based
Wi-Fi receiver baseband design, which is verified using RTL
simulations. Implementation results show a minor increase
in overall resource utilization, still allowing to accommodate
the design on the originally supported board with the least
resources. Finally, the HLS-enhanced transceiver design is
deployed on a Xilinx ZedBoard and proves to have similar
performance in terms of receiver sensitivity when compared
to its HDL counterpart using a wireless connectivity tester.
Thus, we have shown that using HLS in the design flow for
FPGA-based SDR can significantly reduce the development
time and speed up prototyping. However, understanding what
hardware is generated for different software architectures is
still an important aspect for creating an efficient design, as
shown by the optimization steps that we performed.



For future work we will investigate using dedicated HDL

1Ps

in HLS, e.g., by wrapping them as RTL blackbox, and

to let different HDL modules use the same integrated HLS
subfunction in order to reduce hardware utilization. Next we
plan to further enhance the design for better resistance to
multipath fading and experiment with it, which is now more
attainable with the infrastructure we created by converting a
significant part to HLS. It will also ease the implementation
of more advanced standards like Wi-Fi 6 and 7.
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