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Abstract

Emotional Text-To-Speech (TTS) is an important task in the
development of systems (e.g., human-like dialogue agents) that
require natural and emotional speech. Existing approaches,
however, only aim to produce emotional TTS for seen speak-
ers during training, without consideration of the generalization
to unseen speakers. In this paper, we propose ZET-Speech,
a zero-shot adaptive emotion-controllable TTS model that al-
lows users to synthesize any speaker’s emotional speech using
only a short, neutral speech segment and the target emotion la-
bel. Specifically, to enable a zero-shot adaptive TTS model to
synthesize emotional speech, we propose domain adversarial
learning and guidance methods on the diffusion model. Ex-
perimental results demonstrate that ZET-Speech successfully
synthesizes natural and emotional speech with the desired emo-
tion for both seen and unseen speakers. Samples are at https:
//ZET-Speech.github.i0o/ZET-Speech-Demo/.
Index Terms: Text-to-Speech Synthesis, Emotional TTS

1. Introduction

Modern Text-To-Speech (TTS) systems can now synthesize high-
quality speech of a single or multiple speakers [1, 2, 3]. Beyond
synthesizing the speech of seen speakers during training, sev-
eral works have proposed zero-shot adaptive TTS models based
on style-based generators [4, 5, 6] and diffusion models [7, 8],
which can generalize to unseen speakers’ voice as well. How-
ever, the existing methods in adaptive TTS face significant lim-
itations when applied to emotional speech generation, whose
objective is to synthesize the speech with the desired emotion,
in zero-shot scenarios. Specifically, existing approaches for
zero-shot adaptive TTS do not consider the emotion-controllable
generation, while the most of existing approaches for emotional
TTS [9, 10, 11, 12, 13, 14] do not take zero-shot scenarios into
account. These limitations necessitate the development of new
methods that can effectively address both requirements in TTS
systems, as depicted in Figure 1.

In this work, we tackle the aforementioned limitations in
building zero-shot adaptive emotion-controllable TTS systems.
We assume that the emotional speeches of multiple speakers with
the emotion label are given in the training stage, but only the
neutral speech of the target speaker is available in the inference
stage. In the context of training, we empirically find that a naive
application of the existing emotion control methods [9, 15] is
ineffective since the emotion feature and speaker identity are
highly entangled in the style vector used by the style-based gener-
ator (See Figure 3 for qualitative analysis). In order to overcome
this limitation, we use domain adversarial training [16] to dis-
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Figure 1: Concept. Our objective is to build a zero-shot adaptive
TTS model capable of synthesizing emotional speech for both
seen and unseen speakers based on emotion labels and neutral
reference speech of the target speaker.

entangle the emotional content from the style vector and make
the style-based generator solely pay attention to the specified
emotion condition. We further suggest using the guidance meth-
ods [17, 18] on the diffusion model in the inference stage, to
improve the model’s ability to synthesize the emotional speech
of the target speaker conditioned on the emotion label.

Combining the above ideas, we propose a Zero-shot adap-
tive Emotion-controllable TTS model, ZET-Speech, that can
synthesize the emotional speech of unseen speakers only with
their neutral speech. In experiments, we empirically validate
that our method enables the zero-shot adaptive TTS model to
successfully perform the emotional TTS task.

Our contributions are summarized as follows:

* We propose a zero-shot adaptive emotion-controllable TTS
model named ZET-Speech which can produce emotional
speech given the neutral reference speech of the any speaker
and the emotion condition.

* Our proposed approach involves domain adversarial training
on the style vector, which enables the TTS model to be con-
trolled by the provided emotional condition. Moreover, we
leverage guidance methods on the diffusion model to enhance
the level of emotional expression in the synthesized speech.

¢ Our method demonstrates favorable performance in generating
emotional speech, as evidenced by results on the Korean [19,
20] and English [21, 22] speech dataset.

2. Method

As illustrated in Figure 1, the zero-shot adaptive emotion con-
trollable Text-to-Speech (TTS) synthesis task aims to generate
the mel-spectrograms of emotional speech Y having the target
emotion, given the following inputs: the text (phonemes) «, the
reference speech Y, and the emotion label e. In this work, we
focus on TTS models with the style-based generator [23, 6] and
the diffusion model [17]. As shown in Figure 2, our ZET-Speech
consists of two ideas upon the TTS models: (1) domain adversar-



Synthesized Mel-Spectrogram

Classifier Guidance || Classifier-Free Guidance
Vy, log p(Yi|e) éy(Yi,t, p,8,€)
/1 T
v, = (2‘,‘ Y)) —|Vy, logp(Y2) | ) et
O— —®
’ (%) «——Forward Diffusion ——(%) ‘
- ®
Domain
Adversari ansformer Encoder
u»fu.zrml Encoder Transformer Encoder
Training
— Training "III"" Hello, World!
—— Inference | Reference Speech !

(Mel-Spectrogram) Text (Phonemes)

Figure 2: Method Overview. (Left) During training, we use do-
main adversarial training to separate emotion from style vectors.
(Right) In inference, we use guidance methods on the diffusion
model to generate speech with more emotional features.

ial training on the style-based generator in training (§ 2.2) and
(2) guidance methods on the diffusion model in inference (§ 2.3).
We first briefly recapitulate the basic components in Section 2.1.
Then, we introduce our proposed method in Section 2.2, 2.3

2.1. Preliminary: Style-based Generator and Diffusion

A style-based generator [6, 24] consists of two components: the
transformer encoder fy and the mel-style encoder h. First
of all, the mel-style encoder h, takes a mel-spectrogram of
the reference speech Y as input and outputs the style vector
s = hy(Y). The style vector s plays an important role in zero-
shot adaptive TTS by embedding the reference speech of any
speaker into the latent space. Then, the transformer model fy
takes a phoneme sequence @ and the style vector s as input and
outputs the reconstructed mel-spectrogram p = fo(x, s)'.

Moreover, some previous works [2, 7] propose to generate
high-fidelity speech with the diffusion models based on g from
the generator. Specifically, given u, the reverse diffusion pro-
cess generates a speech by denoising the noise drawn from the
gaussian distribution Y7 ~ A (p, I). For the reverse diffusion,
we define the differential equation as follows [2, 17]:

dY; = (%(u -Y:) - Vy, logp(Yt)> Bedt, (1)
where the neural network €4(Yz,t, i, s) estimates the score
function of the noisy data distribution Vv, logp:(Y3;) given
timestep ¢, the noisy data Y; at ¢, noise prior p, and the style
vector s [7]. For emotion-controllable TTS, we additionally
input emotion vector e into both the hierarchical transformer
encoder fo(x, s, e) and the score estimator €4 (Y%, t, i, 8, €).

2.2. Domain Adversarial Training

The conventional approach for incorporating emotional informa-
tion into the TTS model is to concatenate or add the emotion
vector to the style vector, and then forward the combined vec-
tor to the style-based generator [15]. However, this approach
has proven to be ineffective in style-based generators, primarily
due to the fact that the style vector s contains both the speaker
identity and emotional features of the reference speech. As a
result, the naive method of combining the emotion vector with
the style vector fails to isolate the emotional features of the ref-
erence speech and also fails to incorporate the desired emotion

!For brevity, we regard the variance adaptor for the pitch, energy, and
duration prediction as a part of the transformer encoder.

condition, leading to suboptimal emotional TTS performance.
For instance, as depicted in Figure 1, assume the case where
the neutral reference speech of the unseen speaker is given with
the desired emotion label ‘happy’. If the emotional feature is
entangled in the style vector, the TTS model generates neutral
speech conditioned on the neutral emotion inside the reference
speech, ignoring the given emotion condition ‘happy’. Hence, it
is of utmost importance to disentangle the speaker identity and
emotional features from the style vector, so that the style vector
solely encompasses speaker-related information.

To this end, we use domain adversarial training [16] to make
the mel-style encoder separate the emotional features of the
reference speech from the style vector. Specifically, we introduce
an emotion classifier g which is trained to predict the emotion
label of the speech given the style vector p(e|s; ), but we insert
the gradient reversal layer prior to the emotion classifier which
scales the gradients by the hyperparameter —c. Therefore, given
the emotion classification loss function L. = —logp(é|s; A)
with the emotion label é, the gradient for the mel-style encoder
parameter v with regards to the emotion classification loss L.
becomes —a %f;. By employing DAT, the mel-style encoder
embeds the speech into the style vector, which contains much
less emotional information than it would have otherwise.

2.3. Guidance Methods on the Diffusion Model

Thanks to domain adversarial training on the style vector, we can
synthesize emotional speech conditioned on the provided emo-
tion label. The remaining issue is to make the TTS model pro-
duce more emotional speech conditioned on the given emotion.
Recently, diffusion models have demonstrated state-of-the-art
performance in conditional generation [25]. The guidance meth-
ods — classifier [26] and classifier-free guidance [18] — which
allow the diffusion model to generate better-conditioned data are
at the heart of a powerful conditional generation performance.
We incorporate guidance methods so that the diffusion
model generates more emotional speech that is controlled by the
given condition. For classifier guidance, we train the emotion-
unconditional score estimator €4(Y%,¢, i, s) and an emotion
classifier on the noisy mel-spectrograms p(e|Y?) afterwards [27].
Then, we add the classifier gradient into the sampling process:

dy; = (%(u -Y:) - Vy, 1ogp(Yt\€)> prdt, ()

Vy; logp(Yile) = v x Vy, logp(e]Y:) + Vy, log p(Y3),

where e is the emotion label and v is a hyperparameter for
guidance control.

With regard to classifier-free guidance, we randomly replace
the emotion embedding with a null embedding & in training. The
important point to consider is that ;& = fy(x, s, €) also contains
emotional information. Therefore, we should also forward g
to estimate the unconditional noise. We forward null embedding
into a transformer encoder to generate pg = fo(x, s, d). We
then combine the conditional and unconditional score estimation
to perform sampling with classifier-free guidance. Formally,

é¢(.Yt7t7l‘l/7s7e) = (3)
€¢(Y{g,t,p,7s,e) +7(6¢(Y;fatvu’ 576) - €¢(Y27t7 Ho, S, @))7

where -y is a hyperparameter for guidance control. Then, we mod-
ify the differential equation in Equation 1 with score estimation
in Equation 3 as follows:

dYVt = (%(H - Y£) - é¢(n7t7/"‘7sve)> ﬂtdt (4)



Table 1: Objective evaluation on Seen speakers (Korean). Experimental results on speakers where the models are trained on. Note that

the classifier guidance is not applicable along with the Global Style Token.

+ Emotion Label

+ Global Style Token (GST)

Model ECA () CER (}) SECS(1) | ECA(M) CER (}) SECS (1)
Grad-StyleSpeech 16.3548.40 16.84 11128 0.778 12.54 1820 17.60+11.65 0.778
+ Domain Adversarial Training (DAT) 31.27 41578 11.93 948 0.757 2444 4 1604 10.99 9,06 0.746
+ Classifier Guidance (CG) 28.73 +14.04 21.51 42008 0.765 - - -

+ Classifier-free Guidance (CFG=1.75) 19.68+10.12 26.38+18.15 0.776 13.814915 232141633 0.776
Ours

ZET-Speech (CG) 51.59 11645 16.22 41697 0.759 - - -
ZET-Speech (CFG=1.25) 41.75+ 1464 13.2641031 0.750 33.65+15.40 11.84 1966 0.770
ZET-Speech (CFG—1.75) 49.84 11733 16.33 11174 0.747 38.891 1381 15.95 L1468 0.757

Table 2: Objective evaluation on Unseen speakers (Korean).
We use unseen speakers where the models are not trained on.

+ Emotion Label +GST

Model ECA(f) CER() | ECA()  CER()
Grad-StyleSpeech 18.294859  10.204944 | 13.724726 9.98.19.35
+ DAT 26.01+1299 9.321979 237141328  10.154935
+CG 232941365 17.8342178 - -

+ CFGy=1.75 17864956 157411367 | 12431040  15.0341435
Ours

ZET-S. (CG) 39.86+1657  12.15+1529 - -
ZET-S. (CFGy=1.25) 315711418 112641066 | 31.2941561  10.501875
ZET-S. (CFGy=1.75) 34.57+1656 14.01t1221 | 325711667  13.57+1378

3. Experiment
3.1. Experimental Setup
3.1.1. Implementation Details

We use Grad-StyleSpeech [7] as the base model due to its promis-
ing performance based on the style-based generator and diffusion
model. We start from the TTS model pre-trained on a neutral-
only multi-speaker dataset. Then, we train the pre-trained TTS
model on the emotional speech dataset for 200k steps with the
batch size of 8 on a single TITAN RTX GPU, using an Adam
optimizer with a learning rate of le-3 and a linear decay.

3.1.2. Dataset

We mainly target Korean speech synthesis since there are high-
quality Korean speech datasets available from the public orga-
nization AIHub>. We pre-train the model on the large-scale
multi-speaker Korean [28] or English [22] dataset. For Korean,
we train the model on the multi-emotional dataset [19]. To eval-
uate the unseen speaker performance, we use a separate Korean
dataset [20] not used in training. For English, we use ESD [21]
dataset for training and LibriTTS Test [22] for evaluation. We
downsample all speech to 16kHz and use HiFi-GAN [29] as a
vocoder.

3.1.3. Evaluation Setup

In this subsection, we provide detailed evaluation setups.
Baselines. We use Grad-StyleSpeech [7] as the base model
for all baselines for a fair comparison. (1) Grad-StyleSpeech
(GSS). Vanilla Grad-StyleSpeech model where we input the
emotion embedding from the hard emotion label or global style
token [9] as input [15]. (2) GSS + Domain Adversarial Train-
ing. Only applying domain adversarial training on the speaker
vector. (3) GSS + Classifier Guidance. Only applying classi-
fier guidance on the diffusion model similar to EmoDiff [27].
(4) GSS + Classifier-free Guidance. Only applying classifier-
free guidance on the diffusion model. (5) ZET-Speech (CG,

Zhttps://aihub.or.kr/

Table 3: Objective evaluations on Unseen speakers (English).
We use unseen speakers (LibriTTS Test [22]) for evaluations.

Model ECA(1)  CER()
GSS 40.5041482  13.551069
ZET-Speech (CFG—1.5, ours) 597541565 21.9611336

ours). Our ZET-Speech model with classifier guidance (v = 50).
(6) ZET-Speech (CFG, ours). Our ZET-Speech model with
classifier-free guidance (v = 1.25,1.75).

Evaluation Metric. For objective evaluation, we introduce
three metrics. The first one is Emotion Classifier Accuracy
(ECA) which measures how emotional the synthesized speech is.
Specifically, we utilize a pre-built emotion classification model
based on the Audio Spectrogram Transformer (AST) [30] and
predict the emotion of the synthesized speech. If the AST model
successfully predicts the target emotion, we regard this as a suc-
cessful case of emotional TTS. We measure Character Error
Rate (CER) to evaluate the quality of the synthesized speech.
We leverage Whisper [31] to recognize the text within the synthe-
sized speech. To check whether the synthesized speech reflects
the target speaker’s identity, we measure Speaker Embedding
Cosine Similarity (SECS). For SECS, we measure the simi-
larity between vectors of the synthesized and gold emotional
speech. To embed speech into the vector, we use the speaker
encoder from the resemblyzer library>. If there is no gold emo-
tional speech available, we cannot measure the SECS (unseen
speaker case). For subjective evaluation, we use Mean Opinion
Score (MOS) to measure the emotional naturalness of the syn-
thesized speech. For MOS, we require the evaluator to assess the
degree to which the given emotion is naturally reflected in the
synthesized speech. We also measure speaker Similarity MOS
(SMOS) for seen speakers, by requesting the evaluator to check
the voice similarity between the synthesized speech and the gold
emotional speech. For all experiments, we use neutral speech as
a reference speech and give emotion conditions as a hard label
(Emotion Label) or sampled emotional speech from the training
dataset (Global Style Token). We use 9 seen speakers and 10
unseen speakers with 10 scripts and 7 emotions for evaluations.
We recruit 20 evaluators for subjective evaluations.

3.2. Experimental Results

In Table 1 and 2, we present the performance of models in terms
of objective evaluation metrics for seen and unseen speakers,
respectively. Results show that our ZET-Speech outperforms
baselines in terms of ECA, demonstrating that ZET-Speech is
able to synthesize the emotional speech conditioned on the given
emotion. These findings suggest that our method can be success-
fully applied to any speaker even if there is only a limited amount
of neutral speech available. To elaborate, Domain Adversarial

3https://github.com/resemble-ai/Resemblyzer



Table 4: Subjective evaluations (Korean). Experimental results
on seen and unseen speakers with human evaluation.

Seen Unseen
Model MOS SMOS ‘ MOS
GSS 260453 3.014,s | 2.631 1

ZET-Speech (CG, ours) 3.02413 31244 | 3.064.13
ZET-Speech (CFG, ours) 344114 322113 | 331435
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Figure 3: Style Vector Visualization. To visually analyze the ef-
fect of Domain Adversarial Training (DAT), we plot style vectors
from various speakers and emotions. The same marker denotes
the same speaker, and the same color denotes the same emotion.

Training (DAT) significantly enhances the model’s ability to gen-
erate emotional speech. In other words, the model has lower
sensitivity to emotion conditions without DAT. Furthermore, the
ECA scores obtained by comparing ZET-Speech with the GSS +
DAT baseline indicate that guidance methods are beneficial in
improving the emotional expressivity of the synthesized speech.

Experimental results show that both guidance methods con-
tribute to improving ECA scores. Although classifier guidance
shows better ECA than classifier-free guidance, classifier-free
guidance has exclusive merits compared to classifier guidance
where it does not require an additional classifier and can be
combined with other methods like global style token [9].

Our empirical findings also suggest that incorporating guid-
ance methods may have a negative impact on the quality of the
synthesized speech, resulting in a low CER and SECS metric.
However, we also observe that there exists a trade-off between
emotional expressivity and speech quality, which can be man-
aged by adjusting the relevant hyperparameters . We provide
an extensive analysis of this phenomenon in Section 3.3.

In Table 3, we briefly present the object evaluations on
the English benchmark [21, 22]. We also upload speech sam-

ples in English on the demo page (https://ZET-Speech.

github.io/ZET-Speech-Demo/).

Table 4 shows subjective evaluation results. Most evaluators
found ZET-Speech more effective in conveying desired emotoin
than Grad-StyleSpeech, consistent with Tables 1 and 2. Interest-
ingly, evaluators found the speech from ours with classifier-free
guidance more natural and emotional than the speech from ours
with classifier guidance, which differs from Tables 1 and 2.

3.3. Analysis

Effect of Domain Adversarial Training. In Figure 3, we plot
the style vectors of the randomly sampled speakers from the
training dataset. We sample speech with four major emotions
(Happy, Sad, Angry, and Neutral) from each speaker and use t-
SNE [32] to reduce the dimension. We plot the style vectors from
the model trained with and without Domain Adversarial Training
(DAT). The style vectors from the model trained without DAT are
clearly clustered based on emotion in Figure 3, demonstrating
how the emotional features are entangled with the style vector.
On the other hand, the style vectors from the model trained with
DAT are more evenly distributed across the emotion and less

FO (Pitch) Energy
0 3

Figure 4: Spectrum Visualization. We plot the mel-spectrograms,
pitch, and energy contours of the synthesized speech varying the
emotion condition, given the same script and unseen speaker.
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Figure 5: Guidance Scale Analysis. In classifier-free guidance,
we measure ECA and CER by varying the guidance scale ~y.

tightly clustered. The results demonstrate that emotional features
are successfully disentangled from the style vector with DAT.
Spectrum Visualization. In Figure 4, we show the mel-
spectrograms of the synthesized speech for different emotions,
accompanied by pitch (FO) and energy contours to highlight the
variations among them. The visualizations clearly show that the
speech generated for Happy and Angry emotions typically has a
higher pitch than that of Sad emotion, emphasizing the ability
of our model to produce emotionally expressive speech with
distinct variations for different emotional conditions.
Guidance Scale. Our analysis indicates that the guidance
scale has a significant impact on both the quality and emotional
expressiveness of synthesized speech in guidance methods. To
evaluate this trade-off, we measure the Emotional Classification
Accuracy (ECA) and Character Error Rate (CER) while vary-
ing the guidance scale  from 1.25 to 2.0 in ZET-Speech with
classifier-free guidance. As illustrated in Figure 5, we observe
that increasing the guidance scale results in higher ECA and
CER. This implies that a higher guidance scale improves emo-
tion expressivity, but at the expense of reduced speech quality.

4. Conclusion

We proposed ZET-Speech, a zero-shot adaptive emotion control-
lable TTS model capable of generating emotional speech in any
speaker’s voice only with neutral reference speech and emotion
labels. Our approach employs domain adversarial training to dis-
entangle emotion features from the style vector during training,
allowing the synthesized speech to be controlled solely by the
emotion condition. Furthermore, we utilize guidance methods
on the diffusion model to enhance the control of emotion in
a synthesized speech. Experimental results demonstrated that
our method significantly outperforms baselines in objective and
subjective measures of emotional expressivity. We hope that our
method enables practitioners to synthesize emotional speech for
desired speakers without the need for emotional recordings.
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