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Abstract

The goal of the multi-sound source localization task
is to localize sound sources from the mixture individu-
ally. While recent multi-sound source localization meth-
ods have shown improved performance, they face chal-
lenges due to their reliance on prior information about
the number of objects to be separated. In this paper, to
overcome this limitation, we present a novel multi-sound
source localization method that can perform localization
without prior knowledge of the number of sound sources.
To achieve this goal, we propose an iterative object iden-
tification (IOI) module, which can recognize sound-making
objects in an iterative manner. After finding the regions of
sound-making objects, we devise object similarity-aware
clustering (OSC) loss to guide the IOI module to effec-
tively combine regions of the same object but also dis-
tinguish between different objects and backgrounds. It
enables our method to perform accurate localization of
sound-making objects without any prior knowledge. Exten-
sive experimental results on the MUSIC and VGGSound
benchmarks show the significant performance improve-
ments of the proposed method over the existing methods
for both single and multi-source. Our code is available at:
https://github.com/VisualAIKHU/NoPrior MultiSSL.

1. Introduction

Humans naturally perceive various sounds and identify the
origins of those sounds by using both visual sense (eyes)
and auditory sense (ears) [12]. The sound source localiza-
tion task aims to mimic the ability of humans to correlate
auditory cues with visual information in order to identify
sound-making objects. Due to this property, sound source
localization is closely related to various real-world applica-
tions, including unmanned aerial vehicles [14, 30], robotics
[20, 28], and speaker source localization [6, 31].

The sound source localization task can be divided into
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Figure 1. Conceptual comparison between (a) existing methods
and (b) the proposed method. The existing methods require prior
source knowledge of the number of sound-making objects. In con-
trast, our method can effectively localize multiple sound-making
objects without the need for prior source knowledge.

two categories: (1) single sound source localization and (2)
multi-sound source localization. The single sound source
localization task [8, 11, 21, 22, 25, 32–36, 38, 39, 41, 44,
48] aims to find one source in a scene by utilizing cross-
modal correlations [32, 40] between audio and visual cues.
Various methods have been developed for the effective sin-
gle sound source localization by introducing hard posi-
tive mining [8, 33], iterative learning [21], feature regu-
larization [22], negative free learning [38], false negative
aware learning [39], momentum target encoders [25], op-
tical flow [11, 36], and spatial integration [41]. However,
these methods focus primarily on locating a single sound
source, which can be challenging in real-world environ-
ments where multiple sounds are often mixed together.

In response to this challenge, several multi-sound source
localization methods [16, 17, 26, 27] have been developed.
The main goal of multi-sound source localization is to sep-
arate and localize individual sources from complex mix-
tures containing different sounds, such as self-supervised
audio-visual matching [16], coarse-to-fine manner [27],
contrastive random walker [17], and audio-visual grouping
network [26]. However, a limitation of existing methods is
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their reliance on prior information about the number of ob-
jects that need to be separated. As shown in Figure 1(a),
existing methods heavily rely on prior knowledge about the
number of sound sources. If prior knowledge is incorrect,
they are frequently failed to localize sound-making objects.
Thus, they can only operate in constrained environments
where prior source knowledge is available for sound source
localization. Consequently, accurate localization of multi-
sound sources becomes challenging when this prior knowl-
edge is not available. In addition, since prior knowledge is
generally not provided in real-world environments, it limits
their applicability in practical scenarios.

To address the aforementioned challenges, we introduce
a novel method for multi-sound source localization that can
identify multiple sound sources without the need for prior
knowledge of the number of sources. As shown in Figure
1(b), our method can adapt to various numbers of sound
sources by automatically recognizing the number of sound-
making objects without relying on any prior knowledge. To
this end, we propose an Iterative Object Identification (IOI)
module. The goal of our IOI is to effectively automate ob-
ject separation by repeatedly recognizing objects that make
sounds from the mixtures in an iterative manner. By doing
so, it continuously searches for sound-making regions until
it determines that all relevant objects have been identified.

To achieve this goal, we provide guidance to the IOI
module for effective sound-making object identification.
First, in the iterative process, we identify regions that are
considered to be foreground objects and repeat this process
until there are no more regions considered as foreground
objects. At each iteration step, regions previously consid-
ered as foreground objects are eliminated in the subsequent
iteration. Next, we employ a clustering process to merge re-
gions belonging to the same object based on the foreground
regions. To effectively carry out this process, we devise an
object similarity-aware clustering (OSC) loss. This loss not
only guides the IOI module to combine regions of the same
object but also aids in distinguishing between different ob-
jects and backgrounds. By doing so, the proposed frame-
work is able to distinguish between various objects with
distinct sounds through the iterative process.

Consequently, our method can precisely locate the
sound-making objects without the need for prior source
knowledge, and can effectively distinguish between mul-
tiple sound sources. As a result, our method shows sig-
nificant improvements in sound source localization perfor-
mance compared to existing methods.

The major contributions of our paper are as follows:

• We introduce Iterative Object Identification (IOI) module
to adaptively localize multiple sound sources without any
prior source knowledge. To the best of our knowledge,
this is the first attempt to perform multi-sound source lo-
calization without knowing the number of sound sources.

• We propose Object Similarity-aware Clustering (OSC)
loss to guide the IOI module to merge regions belonging
to the same object during the iteration process, while dis-
tinguishing between different objects and the background.

• Experimental results on MUSIC and VGGSound datasets
demonstrate the effectiveness of the proposed method for
both single-/multi-source sound localization.

2. Related Work

2.1. Sound Source Localization

The sound source localization focuses on finding the spa-
tial location of sound sources within a video frame. It can
be divided into two main streams: (1) single sound source
localization and (2) multi-sound source localization.

The single sound source localization [8, 9, 11, 21, 22, 25,
32–36, 38, 39, 41, 44, 48] leverages the cross-modal inter-
relations between auditory and visual modalities to localize
a sound-making object. Senocak et al. [32] introduced an
unsupervised method to incorporate an audio-visual two-
stream network with attention mechanisms. Chen et al. [8]
proposed a framework that automatically identifies hard
samples through contrastive learning. Lin et al. [21] adopted
iterative learning with pseudo-labels to refine the localiza-
tion process. In addition, Fedorishin et al. [11] and Singh
et al. [36] leveraged optical flow as a prior and introduced
a cross-attention mechanism over the relevant video frame.
Sun et al. [39] introduced the False Negative Aware Con-
trastive (FNAC) strategy to guide similar-looking samples
to be more similar. Senocak et al. [34] improved localiza-
tion accuracy through enhanced cross-modal semantic un-
derstanding. Um et al. [41] proposed the spatial knowledge
integration of the audio-visual modalities, promoting recur-
sive enhancement of localization. However, in real-world
scenarios, they encounter limitations due to the frequent oc-
currence of mixed sounds from various sources.

Recent studies focus on the multi-sound source localiza-
tion [16, 17, 26, 27] to effectively find the location of sound
sources from mixtures. Hu et al. [16] introduced a tech-
nique that constructs a supervisory signal to differentiate
the sound-making entities within a scene. Qian et al. [27]
developed a two-stage audiovisual learning approach that
separates audio and visual representations of various cate-
gories from scenes in a coarse-to-fine manner. Hu et al. [17]
made a graph model for robust multi-sound source localiza-
tion. Mo et al. [26] proposed a way to simultaneously ex-
tract and assimilate category-specific semantic features for
each sound source from auditory and visual inputs.

However, the existing multi-sound source localization
methods also exhibit a limitation in real-world scenarios.
They heavily rely on prior knowledge about the number of
sound sources to differentiate between multi-sound sources.
Thus, we propose a sound source localization framework
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Figure 2. Network configuration of the proposed sound source localization framework. GAP denotes global average pooling.

that can autonomously recognize the number of objects
within a scene and localize the objects without relying on
annotations or prior knowledge.

2.2. Iterative Methods in Computer Vision

Iterative techniques have been applied to various research
fields [1, 4, 5, 19, 23, 29, 37, 42, 43, 45, 47] because they
provide a refining solutions through repetitive cycles. For
example, the iterative methods have been applied to im-
age deblurring and denoising tasks [5, 19], showing sig-
nificant improvements over traditional non-iterative tech-
niques. In addition, for the mainstrean computer vision
tasks, e.g., object detection and segmentation tasks, various
works [1, 37, 42, 45, 47] also adopt the iterative refinement
techniques for more improved performance.

The iterative technique possesses inherent characteris-
tic of iteratively converging towards the desired solution.
In this study, we adopt this technique to perform effec-
tive multi-sound source localization. Though this approach,
we automatically and iteratively identify multiple sound
sources, enhancing the localization for the same objects and
allowing differentiation between different objects. As a re-
sult, our method demonstrates improved performance com-
pared to conventional methods. Moreover, due to its auto-
matic object-finding nature, our iterative approach is not
constrained by prior source knowledge.

3. Proposed Approach
3.1. Overall Architecture

Figure 2 shows the overall architecture of our framework.
Similar to the previous works [8, 32], we adopt a two-stream

network to extract visual and audio features. Input image set
Iv ∈ RB×Wv×Hv×3 (B indicates batch number, Wv and
Hv denote width and height of Iv) and the corresponding
mixed audio spectrogram Ia ∈ RB×Wa×Ha×1 (Wa and Ha

denote width and height of Ia) pass through each modal
encoder (i.e., visual and audio encoders) to generate visual
feature Fv and audio feature Fa, respectively. First, we iden-
tify all the sound-making regions associated with mixed au-
dios to filter the regions of interest. We measure cosine sim-
ilarity between Fv and la, derived from the global average
pooling (GAP) of Fa, to obtain a sound-associated map Sv .

Next, we obtain a sound-associated visual feature F̂v by
the product of Sv and Fv to being aware of features for
overall sound-making regions. The Iterative Object Identi-
fication (IOI) module receives F̂v to iteratively discriminate
sound-associated grid cells and collect each cell in an object
bank O. Subsequently, sound-associated grid cells in O are
allocated into object groups (e.g., object 1, object 2, etc.),
and the background regions are removed. Our method dif-
ferentiates various objects without prior source knowledge
(i.e., the number of sound sources).

3.2. Sound-Associated Region Localization

To automatically localize sound-making objects in a visual
scene without any annotation or prior knowledge, it is es-
sential to measure the correspondence between audio and
visual features. To achieve this, we try to distinguish sound-
making regions from non-sound regions.

We calculate the cosine similarity between Fv ∈
RB×w×h×c (w, h, and c are the width, height, and chan-
nel) and la ∈ RB×c to generate sound-associated map
Sv = {Svij}i=1,...,h,j=1,...,w ∈ RB×w×h. To make Sv



meaningful, our method allows positive audio-visual pairs
to be attracted to each other and negative pairs to be repelled
at training time. By doing so, it is possible to identify spa-
tial regions associated with given sound (positive pairs) and
regions which are not associated with that sound (negative
pairs). We define Sn→m

v as cosine similarity map between
n-th image and m-th audio, and the ij-th element of Sn→m

v ,
which can be represented as:

Sim(A,B) =
⟨A,B⟩

||A|| ||B||
,

Sn→m
vij =

Sim(Fn
vij

, lma )∑h
i=1

∑w
j=1 Sim(Fn

vij , l
n
a )

,

(1)

where ⟨·, ·⟩ denotes inner-product. Next, we obtain the mask
of n-th clip Mn, represented as:

Mn = sigmoid((Sn→n
v − α)/ω), (2)

where α and ω are the hyper-parameters. Based on Mn, we
aim to localize all the sound-making regions associated with
mixed audios. Thus, motivated by [8], we employ an audio-
visual contrastive loss Lavc, which can be represented as:

Posn =
1

|Mn|
⟨Mn, Sn→n

v ⟩,

Negn =
⟨1 −Mn, Sn→n

v ⟩
|1 −Mn|

+
1

hw

∑
n ̸=m

⟨1, Sn→m
v ⟩,

Lavc = − 1

B

B∑
n=1

[
log

exp(Posn)

exp(Posn) + exp(Negn)

]
.

(3)

Posn represents the average vector of highly correlated re-
gions between the audio-visual pairs in the n-th clip. In con-
trast, Negn contains not only regions with low correlated
between audio-visual pairs within the same clip but also in-
cludes correlation with other clips. Consequently, Lavc al-
lows the Sv to effectively filter out the foreground regions
associated with the mixed audio, separating from the back-
ground regions that do not produce sound.

3.3. Iterative Object Identification Module

Through Section 3.2, the sound-associated map Sv can con-
tain knowledge of the sound-associated objects. We then
multiply Sv by the original visual feature Fv to encode
sound-associated visual feature F̂v ∈ RB×w×h×c. By do-
ing so, background cells are removed, leaving all the sound-
associated cells that represent the sound-making object.

Next, the proposed Iterative Object Identification (IOI)
module takes F̂v to identify sound-making objects in mixed
audio-visual data. Using F̂v , the IOI module conducts a to-
tal of T iterations to find all sound-associated cells, and in
each iteration, it finds the area to localize around the po-
sition of the sound-associated cell identified. Each itera-
tion consists of four steps: (1) Highest sound-associated cell

Algorithm 1 Iterative Object Identification Algorithm

Require: Sv, F̂v

Ensure: O = [ ], t = 0
while max(Sv) > ε do

Et
p ← F̂v[argmax(Sv)]

Rp ← ⟨F̂v,Et
p⟩ ▷ Inner Product

Rn ← ⟨F̂v,En⟩
sound making region← Rp > Rn

Sv ← Sv · ¬sound making region
O.append(Et

p)
t← t+ 1

end while
Results: T = t,O = [E1

p,E2
p, ...,ET

p ]

selection, (2) foreground/background selection, (3) finding
sound-making regions, and (4) identified sound-making re-
gion exclusion. After the end of T iteration process, we
cluster all sound-associated grid cells as each object or neg-
ative.

Before starting iteration, we define a negative cell vector
En ∈ RB×c to represent background (non-sound-making
objects). En is obtained by averaging the background cells
that were excluded during the creation of F̂v . This vector is
essential for identifying regions that do not correspond to
the sound, to provide contrast to the foreground.
(1) Highest sound-associated cell selection. In the first
step in t-th iteration, we select the cell in Sv with the highest
value and select this cell as a starting point. This selection
is based on the understanding that the highest value in Sv

indicates the strongest audio-visual correspondence in that
cell. Therefore, we identify and mark the coordinates of this
cell as (i, j). The vector F̂vij is then assigned as the sound-
associated grid cell Et

p ∈ RB×c. Then, we store Et
p in the

i-th element of the object bank O = {Et
p}Tt=1.

(2) Foreground/background selection. In the second step
in t-th iteration, we perform foreground and background se-
lection using Et

p and En. The similarity measurement is car-
ried out by calculating the inner product of F̂v and Et

p. This
result is used as foreground region Rt

p ∈ RB×w×h. A higher
value in Rt

p indicates a higher likelihood of being the same
object as Et

p. Similarly, the background region is calculated
by inner product of F̂v and En, resulting in Rt

n ∈ RB×w×h.
(3) Finding sound-making regions. In the third step in t-th
iteration, we compare Rt

p and Rt
n to localize sound-making

regions. The choice of sound-making region sizes is based
on the condition that the value of foreground region Rt

p is
higher than that of the background Rt

n. Using these regions,
we generate the t-th localization map.
(4) Identified sound-making region exclusion. In the
fourth step in t-th iteration, to prevent redundancy in find-
ing sound-associated grid cell vector Et

p, we need to modify
Sv for the next iteration. This involves setting the values of
regions already localized to zero in Sv , thereby excluding
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Figure 3. Explanation of the proposed Object Similarity-Aware
Clustering (OSC) loss (N = 2 example).

them from further iteration. After completing these steps,
we move on to the next iteration. We repeat this process un-
til we find all sound-associated grid cells. The pseudocode
detailing this procedure is presented in Algorithm 1, offer-
ing a clear step-by-step guide.

3.4. Object Identification and Final Localization.

After finishing the iteration process, we identify all sound-
associated grid cells as each object or negative. Each cell
is evaluated to determine whether it represents a sound-
making object or background. This classification is crucial
as it ensures the accuracy of our object identification.

First, to eliminate cells that were identified as sound-
associated grid cells but are actually background, we calcu-
late cosine similarity between negative cell vector En and
each sound-associated grid cell Et

p in object bank O. Cells
with a similarity exceeding a threshold τ1 are considered to
be a part of the background and are eliminated from O.

Subsequently, to cluster the remaining sound-associated
grid cells into each object, we calculate the cosine similar-
ity between every pair of cells. This calculation helps us un-
derstand how similar or related these cells are to each other.
If the similarity between any two cells is higher than the
threshold τ2, we consider these cells to be part of the same
object. To effectively cluster each object, we use the union-
find algorithm [2]. It merges other cells into each group if
they are determined to belong to the same object.

Each identified group is labeled as object k (where k =
1, 2, ...,Kb). Here, Kb is the number of objects in b-th clip.
Finally, we combine the localization maps from object k to
create the final localization map for each object.

3.5. Object Similarity-aware Clustering Loss

To effectively identify and separate multi-sound sources
without any annotation and prior source knowledge in com-
plex environments, we propose an Object Similarity-aware
Clustering (OSC) loss. The OSC loss has an important role
in guiding the IOI module to combine regions belonging to
the same object while differentiating between distinct ob-

jects and backgrounds. In the bank Ob, the anchor cell Ab
k

is identified as the most representative cell of the object k
in the b-th clip. P b

k and N b
k represent compositions of cells,

where P b
k consists of cells attributed to the same object, and

N b
k is from different objects or backgrounds (P b

k and N b
k

are distinguished though Section 3.4). The formulation of
the OSC loss is structured as follows:

Cb
pk = Sim(Ab

k, P
b
k), Cb

nk = Sim(Ab
k, N

b
k),

Lb
k =

(
1− Cb

pk

)
+ Cb

nk,

Losc =
1

B

B∑
b=1

Kb∑
k=1

Lb
k

Kb
,

(4)

where Cb
pk and Cb

nk represent the cosine similarity between
the anchor and the positive, and the anchor and the negative,
respectively. Through this loss, learning is directed in such
a way that similarity between the anchor and positive cells
is reinforced, while divergence between the anchor and neg-
ative cells is accentuated. As shown in Figure 3, this effec-
tively clusters cells that are considered to be part of the same
object, thereby aiding in the segmentation of objects. This
approach reduces the number of iterations to distinguish ob-
jects, as detailed in our supplementary experiments.

3.6. Training Objective

To train our proposed method, we construct the total train-
ing loss function as follows:

LTotal = λ1Lavc + λ2Losc, (5)

where λ1 and λ2 denote balancing parameters for each loss
function. By using LTotal, our method effectively performs
multi-sound source localization, identifying sound sources
from mixtures without the need for prior source knowledge.

4. Experiments
4.1. Datasets and Evaluation Metrics

MUSIC. The MUSIC dataset [46] comprises 448 unedited
YouTube music videos featuring solos and duets across 11
categories of musical instruments. To ensure a fair compar-
ison with previous works, we use the same training/testing
subset as utilized in AVGN [26]. Specifically, the MUSIC-
Solo contains 358 solo videos that are applied for training,
and 90 solo videos are for evaluation for single sound source
localization. Similarly, the MUSIC-Duet contains 124 duet
videos that are applied for training, and 17 duet videos are
for evaluation for multi-sound source localization.
VGG-Sound. VGG-Sound dataset [7], which is denoted
as VGGSound-Single consists of more than 200k videos
from 221 different sound categories. We utilize 144k image-
audio pairs as a training set. For single sound source lo-
calization, we use VGG-Sound Source [8] to evaluate our



Method MUSIC-Duet [46] VGGSound-Duet [7]

CAP(%) PIAP(%) CloU@0.3(%) AUC(%) CAP(%) PIAP(%) CloU@0.3(%) AUC(%)

Attention10k [32] (CVPR’18) – – 21.6 19.6 – – 11.5 15.2
OTS [3] (ECCV’18) 11.6 17.7 13.3 18.5 10.5 12.7 12.2 15.8

DMC [15] (CVPR’19) – – 17.5 21.1 – – 13.8 17.1
CoarseToFIne [27] (ECCV’20) – – 17.6 20.6 – – 14.7 18.5

DSOL [16] (NeurIPS’20) – – 30.1 22.3 – – 22.3 21.1
LVS [8] (CVPR’21) – – 22.5 20.9 – – 17.3 19.5

EZ-VSL [24] (ECCV’22) – – 24.3 21.3 – – 20.5 20.2
Mix-and-Localize [17] (CVPR’22) 47.5 54.1 26.5 21.5 16.3 22.6 21.1 20.5

AVGN [26] (CVPR’23) 50.6 57.2 32.5 24.6 21.9 28.1 26.2 23.8
Proposed Method 52.1 72.5 38.6 30.1 32.5 44.4 46.9 29.2

Table 1. Experimental results on Music-Duet(left) and VGGSound-Duet(right) for multi-sound source localization. Bold/underlined fonts
indicate the best/second-best results.

Method MUSIC-Solo [46] VGGSound-Single [7]

AP(%) IoU@0.5(%) AUC(%) AP(%) IoU@0.5(%) AUC(%)

Attention10k [32] (CVPR’18) – 37.2 38.7 – 19.2 30.6
OTS [3] (ECCV’18) 69.3 26.1 35.8 29.8 32.8 35.7

DMC [15] (CVPR’19) – 29.1 38.0 – 23.9 27.6
CoarseToFIne [27] (ECCV’20) 70.7 33.6 39.8 28.2 29.1 34.8

DSOL [16] (NeurIPS’20) – 51.4 43.7 – 35.7 37.2
LVS [8] (CVPR’21) 70.6 41.9 40.3 29.6 34.4 38.2

EZ-VSL [24] (ECCV’22) 71.5 45.8 41.2 31.3 38.9 39.5
Mix-and-Localize [17] (CVPR’22) 68.6 30.5 40.8 32.5 36.3 38.9

AVGN [26] (CVPR’23) 77.2 58.1 48.5 35.3 40.8 42.3
Proposed Method 77.4 62.1 59.4 46.2 41.4 41.2

Table 2. Experimental results on Music-Solo(left) and VGGSound-Single(right) for single sound source localization. Bold/underlined fonts
indicate the best/second-best results.

method. In the training phase, for multi-sound source lo-
calization, we randomly concatenate two video frames to
generate a single input image with dimensions of 448×224,
and we combine the corresponding audio waveforms to gen-
erate a mixed audio signal. Following [26], we employ the
VGGSound-Duet dataset for evaluation.
Evaluation Metrics. Following the prior works [17, 26],
we adopt metrics for a fair and comprehensive compari-
son. For single sound source localization, we employ Av-
erage Precision (AP), Intersection over Union (IoU), and
Area Under Curve (AUC). Regarding multi-sound source
localization, we employ Class-aware Average Precision
(CAP), Permutation-Invariant Average Precision (PIAP),
Class-aware IoU (CIoU), and Area Under Curve (AUC).
Our method is self-supervised and does not use class labels,
we follow [17] for the modified version of CAP and CIoU.

4.2. Implementation Details

For the visual modality input, we resize images to dimen-
sions of Wv = 224, Hv = 224, extracting them from the
central frame of 3-second video clips. For the audio modal-
ity, we resample the raw 3-second audio signal to 16kHz
and convert it into a log-scale spectrogram.

In accordance with the methods presented in [8], we uti-
lize a ResNet-18 [13] for both the visual and audio feature

backbones to establish our model. Due to the sound spec-
trogram having only one channel, we adapt the first convo-
lutional layer of the ResNet-18 [13] from 3 channels to 1.
The visual encoder is pretrained using ImageNet [10]. Our
method employs the Adam optimizer [18] with a learning
rate of 10−4 and a batch size of 128. We train our model
for 50 epochs on all experiments. The training is conducted
using 1 RTX 4090 GPU. We use the weights of τ1 = 0.7,
τ2 = 0.6. For our proposed loss function LTotal, we set
λ1 = 1 and λ2 = 1. Following [8, 11], we utilize the imple-
mentation code and adopt the same other hyper-parameters.

4.3. Comparison to Prior Works

Multi-Sound Source Localization. First, we conduct ex-
periments on the multi-sound source localization scenar-
ios. We compare our method with the state-of-the-art multi-
sound source localization methods [3, 8, 15–17, 24, 26, 27,
32]. Table 1 shows the results of our method on MUSIC-
Duet [46] and VGGSound-Duet [7]. For the MUSIC-Duet
test set, our method demonstrates superior performance,
achieving 1.5%, 15.3%, 6.1%, and 5.5% higher for CAP,
PIAP, CIoU@0.3, and AUC, respectively. Furthermore, in
the VGGSound-Duet dataset, our method significantly out-
performs existing methods. It indicates that our OSC loss
enables our method to effectively localize sound-making
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Figure 4. Visualization results for (a) MUSIC-Duet, (b) VGGSound-Duet test set. We compare our method with AVGN [26].
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Figure 5. Visualization results of our method on VGGSound-Trio test set.

objects through an iterative process.
Single Sound Source Localization. For single sound
source localization, we compare our method with other ex-
isting works [3, 8, 15–17, 24, 26, 27, 32]. Table 2 presents
the performances on MUSIC-Solo [46] and VGGSound-
Single datasets [7]. For the MUSIC-Solo test set, ours
shows 0.2% higher for AP. 4.0% higher for IoU@0.5, and
10.9% higher for AUC, respectively. For the VGGSound-
Single test set, ours outperforms most of the others. For
AUC, ours achieves the second-best performance.

The experimental results in Table 1 and Table 2 clearly
demonstrate the significant advancements our method
brings to single and multi-sound source localization. This
progress is largely attributed to the capabilities of the IOI
module and OSC loss in effectively distinguishing objects.

4.4. Visualization Results

We compare ours with the state-of-the-art approach, AVGN
[26], in multi-sound source localization. This comparison

utilizes the MUSIC-Duet and VGGSound-Duet test sets for
visualizing the localization results. The results are shown
in Figure 4. The visualization highlights the efficacy of
our method in accurately localizing sound-making objects
within a mixture. Ground Truth (GT) annotations are used
to denote regions where sound-making objects are present.

Furthermore, Figure 5 offers additional visualization re-
sults from our method, showcasing its efficacy in differ-
entiating objects in scenarios with three-source mixtures.
We utilize VGGSound-Trio test set comprising a mixture of
three sound sources from VGGSound-Single [7], following
[26]. Our IOI module facilitates the repeated detection and
distinction of objects in the audio-visual scene, culminating
in highly accurate and refined localization maps.

4.5. Ablation Study

Effect of the Proposed Losses. We evaluate the perfor-
mance impact of our two proposed losses Lavc and LOSC .
The results are shown in Table 3. When each loss is consid-



Method Lavc Losc PIAP(%) CloU@0.3(%) AUC(%)
AVGN [26] - - 28.1 26.2 23.8

Proposed
Method

✓ - 44.1 25.3 28.3
- ✓ 44.3 43.0 27.0
✓ ✓ 44.4 46.9 29.2

Table 3. Effect of the proposedLavc andLosc loss on VGGSound-
Duet test set.

τ1 τ2 PIAP(%) CloU@0.3(%) AUC(%)

0.7
0.6 44.4 46.9 29.2
0.7 44.1 43.9 27.5
0.8 44.3 45.0 28.2

0.6
0.6

44.3 46.3 28.9
0.7 44.4 46.9 29.2
0.8 44.2 46.8 29.1

Table 4. Experimental results on VGGSound-Duet test set accord-
ing to the hyper-parameters τ1 and τ2 for IOI module in Sec 3.4.

ered, our method shows the improved performance against
AVGN [26] which is currently a state-of-the-art method.
When all the proposed losses are taken into account, we
show the highest performance. By integrating the proposed
losses into our training, ours achieves increased capacity for
learning robust and discriminative features.
Variation of τ1 and τ2. We conduct an additional ablation
study to investigate the effect of our method on the hyper-
parameters τ1 and τ2 as described in Section 3.3. The re-
sults in Table 4 indicate that we obtain the best results when
τ1 = 0.7 and τ2 = 0.6. Importantly, even when τ1 and τ2
are varied, our method still outperforms the existing meth-
ods. These results suggest that the proposed model is robust
to the variations of hyperparameters.

4.6. Discussions

Sound Source Counting Accuracy. To validate the accu-
racy of counting the correct sound source for our model, we
employed each VGGSound dataset, which comprises im-
ages containing varying sound sources (ranging from one
to three per image). Respectively, our model achieved an
impressive accuracy of 90.79%, 83.21%, and 68.94% for
VGGSound-Single, Duet, and Trio test sets. These results
not only highlight our performance in handling various
numbers of sound sources but also demonstrate its potential
applicability in diverse and dynamically changing audio-
visual environments.
Adaptability of Our Method to Varying Sound Sources.
We present experiments designed to evaluate the adapt-
ability of our method in scenarios with varied sound
sources. For this purpose, we utilized two distinct test sets:
VGGSound-Trio [26] and VGGSound-Mixed. VGGSound-
Mixed is a resampled dataset encompassing sounds from
VGGSound-Single, VGGSound-Duet, and VGGSound-
Trio. VGGSound-Mixed allows us to demonstrate the ca-
pability of our method to localize sound sources effectively,
regardless of their quantity. The results are shown in Ta-

Method Test Set CAP(%)PIAP(%)CloU@0.3(%)AUC(%)
AVGN [26] VGGSound-Trio 18.5 23.7 22.7 21.8

Ours 29.0 42.1 34.0 29.3
AVGN [26]VGGSound-Mixed N/A 22.9 N/A N/A

Ours 27.9 36.0 35.2 22.7

Table 5. Experimental results on VGGSound-Trio and VGGSound
-Mixed test set. ‘N/A’ denotes Not Available.

Method Training (s) Inference (s) #params(per iter) (per image)
AVGN [26] (CVPR’23) 0.42 0.034 61.2M

Proposed Method 0.45 0.027 38.5M

Table 6. The comparisons of training time, inference time, and the
number of parameters.

ble 5. For the VGGSound-Trio test set, our method out-
performs AVGN [26] across all evaluation metrics. For the
VGGSound-Mixed test set, our approach achieves scores
of 27.9%, 36.0%, 35.2%, and 22.7% for CAP, PIAP,
CIoU@0.3, and AUC, respectively. Note that AVGN re-
quires fixed prior source information, which limits its appli-
cability. These results highlight our effectiveness in object
localization, especially without prior source information, at-
tributable to the efficacy of IOI module and loss function.
Computational Costs. Table 6 presents comparisons of
training time, inference time, and the number of param-
eters. We compare our method with AVGN [26] which
shows the highest performance among the existing methods.
Due to the iterative method, our training time is marginally
increased (7.14%). However, inference time decreased by
28.3%, and the number of parameters significantly de-
creased compared to the existing method with transformers.

5. Conclusion
In this paper, we propose an innovative approach to
multi-sound source localization that does not rely on prior
knowledge. The core of our method is the Iterative Object
Identification (IOI) module, which effectively identifies
sound-making objects through iterative processes. Our
object similarity-aware clustering (OSC) loss function
successfully guides the IOI module not only to merge
regions associated with the same object but also to discern
distinct objects from the background. We believe that
our approach, the iterative object identification method
enhances accuracy and has diverse practical applications.
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Learning to Visually Localize Sound Sources
from Mixtures without Prior Source Knowledge

–Supplementary Material–

This manuscript provides additional implementation details
and additional results of the proposed method. In Section
1, we elaborate on the additional implementation details of
our method. Section 2 presents additional experimental re-
sults to show the effectiveness of the Iterative Object Identi-
fication (IOI) module and object similarity-aware clustering
(OSC) loss. Moreover, Section 3 shows additional visual-
ization results. Note that [PXX] indicates the reference in
the main paper.

1. Additional Implementation Details

We utilize the ResNet-18 [P13] for the audio encoder, as
mentioned in the main paper. Since the audio spectrogram
has only one channel, we modify the first convolution layer
of the encoder to have an input channel of 1 and an output
channel of 64, utilizing a kernel size of 7, stride of 2, and
padding of 3. Additionally, we employ the Adam optimizer,
setting the parameters (β1, β2) to (0.9, 0.999), which are the
standard values for Adam. For the hyperparameter θ and ω,
mentioned in Section 3.2, adopt the values 0.65 and 0.03,
respectively, following [P8].

2. Additional Experiments

Training Time per Epoch in Training Phase. Since our
approach adopts an iterative method, we explored how
training duration varies across epochs, as illustrated in
Figure 1. Initially, in the first epoch, the processing time
is high at 1,594 seconds per epoch. However, with more
epochs, this time significantly drops and stabilizes around
500 seconds per epoch. This trend suggests that our method
becomes more computationally efficient over time by
reducing unnecessary iterations, focusing on the effective
steps for localizing sound-making objects.

Comparison of our method with baseline (single lo-
calization applied after separation). We present an
additional experiment to validate the robustness of our
approach for localizing sound sources from mixtures by
comparing it with a baseline method which is first to
perform audio source separation on the mixture and then
apply single sound source localization to each segregated
audio element. On MUSIC-Duet, our method is superior
to the baseline (widely used audio separation model [1]
followed by single SSL), showing CAP (22.4→52.1),
PIAP (44.8→72.5), CIoU@0.3 (29.8→38.6), and AUC
(23.6→30.1).
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Figure 1. Visualization of training time per epoch of our model.
After epoch 10 (red line), the training time converges to about 500
seconds/epoch.

Impact of audio component. We conducted the visual-
only experiment on the MUSIC-Duet data set to investigate
the significance of the audio component. Adding an audio
component enhances performance across all metrics: CAP
(20.5→52.1), PIAP (31.4→72.5), CIoU@0.3 (26.1→38.6),
and AUC (21.2→30.1).

3. Additional Visualization Results
Visualization Results on VGGSound-Duet, Trio and
Mixed Dataset. We present additional visualization results
of our method to demonstrate its efficacy in differentiating
objects in scenarios with various source mixtures utilizing
a VGGSound-Duet, Trio, and VGGSound-Mixed test set.
VGGSound-Trio test set is comprised mixture of three
sound sources from VGGSound-Single [P7], as guided by
[P26], and VGGSound-Mixed test set. Our IOI module is
adept at repeatedly detecting and distinguishing sound-
making objects within audio-visual scenes, resulting in
highly accurate and detailed localization maps. These visu-
alizations, as depicted in Figures 2, 3 and 4, demonstrate
the accuracy of our model in individual object localization
and total map estimation, reflecting a deep understanding
of the complex audio-visual landscape.
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Figure 2. Additional visualization results for VGGSound-Duet test set (two objects). ‘Object k’ is identified by our model without any prior
knowledge.

Visualization Results without OSC loss. Based on the
ablation study on the effect of the proposed losses within
our manuscript, we present visualization results for sce-
narios with and without the OSC (Object Similarity-aware
Clustering) loss. This comparison is based on two samples
used in Figure 5 of the manuscript. In Figure 5, the results
demonstrate that the use of OSC loss leads to better perfor-
mance in separating objects in mixtures. Consequently, it
can be observed that the ability of our model to distinguish
between objects is enhanced through the incorporation of
the OSC loss.

Video Demo. We provide video materials that offer a more
in-depth explanation of our method for localizing sound-
making objects in complex environments. These videos
demonstrate the real-time applicability and robustness of
our approach under various conditions. We provide results
of our method with some examples from the VGGSound-
Duet dataset. Please see video in our official repository.

https://github.com/VisualAIKHU/NoPrior_MultiSSL
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Figure 3. Additional visualization results for VGGSound-Trio test set (three objects). ‘Object k’ is identified by our model without any
prior knowledge.
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Figure 4. Additional visualization results for VGGSound-Mixed test set (mixed objects). ‘Object k’ is identified by our model without any
prior knowledge.
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Figure 5. Additional visualization results with/without OSC loss. ‘Object k’ is identified by our model without any prior knowledge.
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