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A bstract

BeliefPropagation (BP) decoding ofLDPC codes is

extended to the case ofJointSource-Channelcoding.

The uncom pressed source istreated asa M arkov pro-

cess,characterized by a transition m atrix,T,which is

utilized asside inform ation forthe Jointschem e.The

m ethod isbased on the ability to calculate a Dynam i-

calBlock Prior(DBP),foreach decoded sym bolsepa-

rately,and re-estim atethisprioraftereveryiteration of

the BP decoder. W e dem onstrate the im plem entation

ofthism ethod using M acK ay and Neel’sLDPC algo-

rithm over G F (q),and present sim ulation results in-

dicating thatthe proposed schem e iscom parablewith

Separation schem e,even when advanced com pression

algorithm s (such as AC,PPM ) are used. The exten-

sion to 2D (and higher)arraysofsym bolsisstraight-

forward.The possibility ofusing the proposed schem e

withoutside inform ation isbrie y sketched.

1. IN T R O D U C T IO N

TheShannon separation theorem [1,2],statesthat

source coding and channelcoding can be perform ed

separatelyand sequentially,whilem aintainingoptim al-

ity.However,thisistrueonly in thecaseofasym ptot-

ically long blocks ofdata. Thus, considerable inter-

est has developed in various schem es ofjoint source-

channelcoding,where the inherentredundancy ofthe

sourceisutilized forerrorcorrection,possibly with the

aid of som e side inform ation (see, for instance, [3]).

Com bining thetwo processesm ay bem otivated by re-

ducing the totalcom plexity ofthe procedure,and by

som egain in the overallperform ance.M oreover,som e

uncom pressed � les(e.g.bitm ap,text)are expected to

be resilientto single biterrors,which m ay corrupten-

tireblocksin the caseofthe Separation schem e.

Shannon’slowerbound forthe channelcapacity of

abinarysym m etricchannel(BSC)with  ip probability

f,biterrorrate pb and source entropy H (src)perbit

Thiswork wassupported by the IsraelA cadem y ofScience .

isgiven by [1]:

C =
1� H 2 (f)

H (src)� H 2(pb)
; (1)

whereH 2 (x)= � xlog2 (x)� (1� x)log2 (1� x),isthe

entropy ofx,and thecapacity,C ,isthem axim alratio

between thesourcelength k and thetransm itted length

m .

In thispaperwe propose an extension ofthe Low-

Density-Parity-Check codes (LDPC) [4]decodeing al-

gorithm ,prim arily designed fori.i.d.sequences,to the

case ofuncom pressed data.O urapproach isto regard

thesourcesequence,fsng,asdriven from som em em o-

rylessstationary M arkov processwith a � nitealphabet

sn 2 f0;1;2:::q� 1g,and transition m atrixT ofdim en-

sionsq� q,thatdescribestheprobability oftransition

from sym bolito sym bolj:tij = P (sn+ 1 = jjsn = i).

TheM arkov Entropy (persym bol)ofsuch a processis

given by:

H = �

q
X

i= 1

P (i)

q
X

j= 1

P (jji)log2[P (jji)]; (2)

where P (i) is the stationary solution of the M arkov

process. The entropy per bit,H =log2 q,(log2 q being

the num ber ofbits in the binary representation ofa

sym bol)can be utilized asH (src)in Eq.(1).

Neighboringsym bolsin a M arkov sequencearecor-

related. Hence,inform ation about sym bols sn� 1 and

sn+ 1,im m ediately im plies som e knowledge about sn,

too. The m ain contribution ofthiswork,isa m ethod

ofincorporatingthisadditionalknowledgeinto theBe-

liefPropagation decoding schem e.

2. M N A LG O R IT H M

O urjointsource-channelschem eisbasedonM ackay

and Neel’salgorithm (a thorough introduction m ay be

found in [5]), a variant of the earlier G allager code

[4]. Although originally proposed forthe binary � eld,

extending the M N algorithm to higher � nite � elds is

straight-forward as dem onstrated in [6]. The original

http://arxiv.org/abs/cond-mat/0412572v1
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Figure 1: The Dynam ic Block Prior visualized as a

third layerattached tothebipartitegraph oftheLDPC

code.

m otivation form ovingtohigher� eldswasreducingthe

num berofedges(and shortloops)in thecode’sgraph.

For our purpose,this enables us to treat M arkov se-

quences with a richer alphabet,consisting ofq = 2i

sym bols (ibeing an integer). The algorithm consists

oftwo sparse m atricesknown both to the sender and

thereceiver:A(m � k),and B (m � m ),wherek isthe

sourceblock length,m isthetransm itted block length,

and the code rate being R = k=m . Allnon-zero ele-

m entsin A and B arefrom f1;2:::q� 1g,and B m ust

be invertible. Encoding of a source vector s into a

codeword tisperform ed (alloperationsare done over

G F (q))by:

t= B
� 1 � A � s: (3)

tisconverted tobinary representation and transm itted

overthechannel.Duringtransm ission,noisen isadded

to t,therefore the received vectorisr = t+ n. Upon

receipt,the decoder reconvertsr back to the original

� eld,and com putesthesyndrom evectorz = B � r.The

receiverthen facesthe following decoding problem :

z = B � (t+ n)= B � (B� 1 � A � s+ n)= [AB ]� x; (4)

where square brackets denote appending ofm atrices,

and x is a concatenation ofs and n. The decoding

problem can bevisualized asa bipartitegraph (Fig 1),

the elem entsofx (circles)and z (squares)are term ed

"variable" and "check" nodes,respectivly. The edges

of the graph correspond to the nonzero elem ents in

[AB ]. For the M N algorithm ,one should further dis-

tinguish between "source variables" - the s elem ents

in x (� lled circles),and "noise variables" - the n el-

em ents in x (em pty circles). The decoding problem

m ay be solved using the BeliefPropagation (BP) (or

sum - product) algorithm [5,6]. BP is an iterative

B
-1

BA

M

M

1.75 N 

M

M

.

..

.

.

.

.

..
.

.

K

.

.
K

K

K

1 bit per 

 row/column

3 bit per 

 row/column
M

3 bit per 

 row/column

Figure2:K anter-Saad[10]construction ofthem atrices

A,B ,B � 1 forrate 1=3,black regionsdenote nonzero

elem ents.

algorithm with two alternating steps,horizontalpass

(check! variablem essages)and verticalpass(variable

! check m essages). During the verticalpass, som e

prior knowledge is assigned to each decoded sym bol,

according to the assum ed statistics(forthe i.i.d. case

this would sim ply be: P r(s = j) = 1=q for allthe

source sym bols). The key point here is that one can

re-estim ate and re-assign these priors after every it-

eration individually for each decoded sym bol[7]. The

outcom e ofeach iteration is an a-posterioriprobabil-

ity Q a
i = P r(xi = a),for each sym bol(both source

and noise). The M N decoder is linear in the size of

the source block,k,with com plexity O (kqu) (per it-

eration),where u isthe average num berofchecksper

sym bol[8,9].

A properconstruction ofthe m atrices A and B is

crucialin ordertoensurenearlycapacity-achievingper-

form ance.In thiswork wefollow theK anterand Saad

(K S)constructions[10,11],which arevery sparse,sim -

ple to construct,and preform very closeto the bound.

The B m atrix hasa system aticconstruction:diagonal

and sub diagonal,which sim pli� es com putation tasks

[8,11,12]. The K S construction forR = 1=3,G F (2),

isschem atically displayed in Fig. 2,black regionsde-

note nonzero elem ents. Extending the construction

to higher G F (q) is done by random ly replacing the

nonzero elem ents with elem ents ofthe corresponding

� eld.Although constructed originallyfori.i.d.sources,

we successfully used K S m atrices for uncom pressed

sources,however,wem ention thepossibility ofim prov-

ing the perform anceby devising bettercodes.

The M N algorithm is also applicable for the case

ofan Additive W hite G aussian Noise (AW G N) chan-

nel[11]. The binary transm itted vector (assum ed for

sim plicity to be � 1) is corrupted by noise with zero

m ean and variance �2,hence,the received vector,rR ,

isrealvalued. The binary received vector,r,isdeter-

m ined by hard-decision,nam ely,ri = + 1 ifrRi > 0.

Theprobability ofthetransm itted bitti = � 1 isgiven



by:

P (ti = � 1jrRi ) =
e� (ti� r

R

i
)
2
=2�

2

e� (ti� r
R

i
)2=2�2

+ e� (ti+ r
R

i
)2=2�2

=
1

1+ e� 2tir
R

i
=�2

; (5)

and theprobability ofan errorin theith hard-decision

bitisgiven by:

P (ni = 1jrRi )=
1

1+ e2jr
R

i
j=�2

: (6)

Eq. (6) is used for calculating a prior for each noise

variable. Apart ofthese m odi� cations,the M N algo-

rithm for an AW G N channelis identicalto the BSC

case.

Thechannelcapacity forAW G N isgiven by [2]:

C =
1

2� H (src)
log(1+

1

�2
) (7)

Forbinarysourcem essages,(ratherthen realsource

m essages),however,thereexista tighterbound,[11]:

C =
1

H (src)
(�

Z

dyP (y)logP (y)+

Z

dyP (yjx = x0)logP (yjx = x0)) (8)

where x is the transm itted bit,x0 = � 1 and y is the

received (corrupted)bit,with

P (y)=
1

2
p
2��2

h

e
� (y� x)

2
=2�

2

+ e
� (y+ x)

2
=2�

2

i

: (9)

3. D ER IV IN G T H E D Y N A M IC A L B LO C K

P R IO R S

In every iteration oftheM N algorithm ,a betteres-

tim ate ofeach variable node is attained (on average).

In thissection weshalldescribeourm ethod ofincorpo-

rating the statisticalknowledge aboutthe source,and

these localestim ates. Consider three successive sym -

bolssn� 1;sn;sn+ 1 in asequencegeneratedbyaM arkov

processwith transition m atrix T and alphabetG F (q).

The probability ofa tripleta;b;cisgiven by [13]:

P (a;b;c) = P (a;b)� P (cja;b)= P (a;b)� P (cjb)

=
P (a;b)P (b;c)

P (b)
(10)

whereusehasbeen m adeoftheBayesRule:P (x;y)=

P (x)� P (yjx),and the fact that the process is m em -

oryless. Now,given the a-posterioriprobabilities for

the � rst and last sym bols in the triplet: Qan� 1 =

P r(sn� 1 = a) and Q c
n+ 1 = P r(sn+ 1 = c), one can

calculatea priorforthe probability thatsn = b:

P r(sn = b)=
1

Z
�

qX

a;c= 1

P (a;b;c)� Q
a
n� 1 � Q

c
n+ 1 =

=
1

Z
P (b)� 1

 
q
X

a= 1

P (a;b)Q a
n� 1

!  
q
X

c= 1

P (b;c)Q c
n+ 1

!

;(11)

where Z is a norm alization constant such that:
P q

b= 1
P r(sn = b)= 1.W e term Eq.(11)the Dynam i-

calBlock Prior(DBP).

The extension of the M N algorithm to the joint

source-channelcaseconsistsofthe following steps:

1.A binary sequenceofk � log2(q)bitsisconverted

to k G F (q)sym bols.

2.The encoder m easures T and P (a) for allthe q

sym bols over the source,and transm its reliably

thissideinform ation to the decoder.

3.The source isencoded according to (3),then re-

converted to binary representation and transm it-

ted overthe BSC.

4.The decoder m aps the received signalback to

G F(q), and perform s the regular decoding (4),

butafterevery iteration ofthe BP,the priorfor

each source sym bolis recalculated according to

(11).

The com plexity ofcalculating the q priors for a sin-

gle sym bolaccording to the posteriorsofitsneighbors

is reduced from q3 in the naive calculation,to q2 by

Eq. (11). The decoder’s com plexity rem ains linear,

with totalcom plexity ofO (kqu + kq2) per iteration.

The above-m entioned procedurem ay be thoughtofas

adding a layer to the bipartite random graph repre-

sented by the m atrix [AB ]: The DBP’s, Eq. (11),

arem essagespassed only am ongsource variablenodes,

which are spatially related. In Fig. 1,the diam onds

representthis new (directional) layer,which connects

neighboring sourcenodes.W enotethatthepossibility

ofextending thisschem e to G allagercodesisan open

question,since the source isnotexplicitly represented

in the graph.

4. SIM U LAT IO N R ESU LT S

W ereporthereresultsforaBSC with rateR = 1=3,

and foran AW G N with rate1=4,using thecorrespond-

ing K S constructionsforA and B devised in [10,11].

O ther rates,constructionsand block length were also



Table1:Sim ulation resultsforBSC with rate1=3.

q k H fSh fc f1

4 5000 0:49 0:266 0:215 0:244

8 3333 0:471 0:271 0:223 0:243

16 2500 0:49 0:266 0:21 0:236

checked.Random vectorsoflength L = 104 bits(9;999

forq= 8)weregenerated by theM arkov process,then

m apped toavectorinG F (q)with lengthk = L=log2[q],

and wereencoded and decoded asdescribed in thepre-

vious section. For each reported result,at least 1000

sam plevectorsweregenerated and transm itted.

4.1. Estim ating T he C ode’s T hreshold

The threshold for in� nite source length,k ! 1 ,

isestim ated from the scaling argum entofthe conver-

gence tim e,which was previously observed for q = 2

[10,11].Theconvergencetim e,m easured in iterations

oftheM N algorithm ,isassum ed to divergeasthelevel

ofnoise approaches the threshold from below. M ore

precisely,we found thatthe scaling forthe divergence

oftm ed isindependentofq and isconsistentwith:

tm ed(f)/
1

f1 � f
; tm ed(�)/

1

�1 � �
(12)

fora BSC,and an AW G N channel,respectivly.

This extrapolation is independent of k [14] (for

k > > 1),so by m onitoring tm ed,for m oderate k,the

threshold can be found by a linear � t. (see the inset

ofFig. 3) Note that the estim ation oftm ed is a sim -

plecom putationaltask in com parison with theestim a-

tion oflow biterrorprobabilitiesforlargek,especially

close to the threshold. W e also note thatthe analysis

is based on tm ed instead ofthe average num ber ofit-

erations,since we wish to preventthe dram atic e� ect

ofa sm allfraction ofsam pleswith slow convergenceor

no convergence.

4.2. B SC Sim ulations

Som eselected resultsarepresented in Table1.The

colum ns correspond to: the � eld size q; the source

length in sym bols,k;theentropy(perbit)ofthesource

H [15];and thecorresponding m axim alnoisefSh (Eq.

(1)); the criticalnoise,fc,up to which the bit error

ratepb � 10� 5;and the threshold,f1 ,Eq.(12).

In order to com pare the joint and the Separation

schem es,the generated sam ples were concatenated to

stringsofsizeL = 105� 106 bits,and com pressed using

0.2 0.25
f

10
-5

10
-4

10
-3

10
-2

10
-1

p
b

q=8
q=8 dom.
q=16
q=16 dom.

0.02 0.031/t
med

0.2

0.22

f

Figure 3: Bit error rate pb vs noise levelf,triangles

forq = 8,squaresforq = 4,� lled sym bols: use ofall

elem entsofT assideinform ation,em pty sym bols:use

ofonly q dom inant elem ents ofT. Inset: scaling be-

haviorform edian convergencetim e tm ed.f1 = 0:242,

isfound by linear� t.

two advanced com pression algorithm s: Prediction by

PartialM atch (PPM )[16],and Arithm eticCoder(AC)

[17].In Table2,wepresetthecom pression ratio ofthe

source vectors using each m ethod (% AC; % P P M );

the ratio between the com pressed sequences and the

transm itted blocks,m ,(forthecom parison,weusethe

sam etransm itted sizeasfortheJointschem e,m = 3k);

and the m axim alnoise levelforthisnew rate fori.i.d.

source,fA C ;fP P M . Since we assum e an optim al de-

coder,thesenoiselevelsshould becom pared to f1 for

the joint schem e. In allcases, the threshold of the

proposed Jointschem e fork ! 1 iscom parable with

the Separation schem e. O ne should recallthat these

results m ay be im proved by advanced codes. In Fig.

3,pb is plotted againstthe noise levelofthe channel,

f,forthe exam plesofTable 1. Filled trianglesrepre-

sentq = 8;� lled squaresrepresentq = 16;the em pty

sym bols in this � gure refer to an approxim ation that

willbe described in the following section.The dashed

(full)arrow m arksfSh forq= 8 (16).TheinsetofFig.

3 dem onstratesthe extrapolation off1 from the con-

vergence tim e Eq. (12): forq = 8,f(tm ed) is plotted

against1=tm ed,f1 isthen recovered by a linear� t.

4.3. AW G N Sim ulations

Binary sequencesoflength k = 104 weregenerated

using the following transition m atrix:

T =

�
0:89 0:11

0:11 0:89

�

; (13)

having M arkov Entropy H (src) = 0:5. For rate R =

1=4,this entropy corresponds to m axim alnoise,Eq.

(8), �Sh = 2:298, (� 4:2 Db). The sequences were



Table 2:Criticalnoise levelforSeparation schem e us-

ing Arithm eticCoderand Prediction by PartialM atch

com pression algorithm s. fA C and fP P M should be

com pared to f1 in Table 1.

q % AC R A C fA C % P P M R P P M fP P M

4 58:4% 0:195 0:247 56:6% 0:189 0:25

8 58:1% 0:194 0:248 55:5% 0:185 0:253

16 60:5% 0:201 0:243 59:4% 0:198 0:245

0 0.01 0.02 0.03

1/t
med

1.7

1.85

2.0

2.15

σ

q=2

q=4

q=8

Figure 4: Scaling behavior for AW G N channel: � is

plotted vs.1=tm ed forvarious� eld sizes,q.

transm itted over an AW G N channel,using three dif-

ferent� elds: G F (2); G F (4); G F (8). Fig. 4 presents

the scaling behavior,Eq.(12),for these � elds (trian-

gles,squares,and circles,respectively). The sym bols

m ark working points with pb � 10� 5,and were used

for estim ating the corresponding thresholds: �1 (q =

2)= 2:08; �1 (q = 4)= 2:14; �1 (q = 8)= 2:17. It

is evident that as q increases,both �c(q) and �1 (q)

im prove.

5. R ED U C IN G T H E A M O U N T O F SID E IN -

FO R M AT IO N

Theresultsoftheprevioussectionsindicatethatthe

perform ance ofthe presented joint coding is not too

far from Shannon’s lower bound and,m ost probably,

using an optim ized code,the channelcapacity can be

nearly saturated. However,for a � nite block length,

the m ain drawback ofour algorithm is the overhead

ofthe header (i.e. the transm itted side inform ation)

which m ustbe encoded and transm itted reliably.O ne

hastorem em berthatthesizeoftheheader,(T),scales

with q2 where the precision ofeach elem ent is ofthe

orderO (logk). Thisoverhead isespecially intolerable

in the lim itwhere:q2 log(k)=k � O (1).Note thatthis

is indeed the situation even for very large m essages,

k = 106,and asym bolsizeof8bits(a"char",q= 256).

Thispointm ay be tackled by observing thatfora

process with low entropy,characterized by enhanced

repetitionsand correlations,T isdom inated by a sm all

num berofelem ents,while the restofthe elem entsare

negligible. W e therefore repeated oursim ulations,us-

ingonly theqlargestelem entsin T assideinform ation.

The decoderwould then setallotherelem entsin each

row ofT equally,to obey the norm alization condition
P

j
Tij = 1.In Fig.3 theem pty squares/trianglesrep-

resentworking pointsforthealgorithm with q= 8=16.

In both cases,thecriticalnoiselevelfc isonly slightly

decreased,butthesizeofthesideinform ation becom es

considerably sm aller.

6. JO IN T SO U R C E-C H A N N EL C O D IN G

W IT H T H E LA C K O F SID E IN FO R M AT IO N

In thissection we describe how the M arkovian de-

codercan beim plem ented withoutany transm ission of

side inform ation.The key pointsarethe specialprop-

ertiesofthe K S construction (Fig.2):the � rstk rows

ofA arecharacterized by onenon-zeroelem entperrow

and colum n,wherethe� rstk rowsofB arecharacter-

ized by 2 non-zero elem ents. Furtherm ore,due to the

system aticform ofB ,each row cannotbewritten asa

linearcom bination oftheotherrows.Hence,the� rstk

bitsofthesyndrom evectorz,areequal(up toasim ple

perm utation)to the source,with an e� ective  ip rate,

fe� . ForG F (2) forinstance,zj = si+ nj + nj+ 1 (i

m arks the position ofthe nonzero elem ent in the jth

row ofA),and fe� = 2f(1� f). The � rstk sym bols

ofz are therefore a result ofa hidden M arkov M odel

(HM M ).The underlaying transition m atrix,T,gener-

ating the source sequence,can be estim ated by m eans

ofthe EM algorithm [18],which is a standard tool

forsolvingsuch Param etric Estim ation problem s,with

linearcom plexity.Having T (approxim ately)revealed,

the DBP’scan be calculated asdescribed in Eq.(11).

For the generalconstruction ofthe M N algorithm

one adds/subtracts rows of the concatenated m atrix

[AB ]and the corresponding sym bolsin z,such thata

situation is� nally reached asfollows:The � rstk rows

ofA aretheidentity m atrix,regardlessoftheconstruc-

tion ofthe � rst k rows ofB . From the knowledge of

the noiselevelf and the structure ofith row ofB one

can now calculate the e� ective noise,fi,e� ,ofthe ith

received sourcesym bol.Sinceallffi,e�g arefunctions

ofa unique noiselevelf,one can estim ate the param -

etersofthe M arkovian processusing som e variantsof



the EM algorithm . Note,thatin the generalcase the

� rstk rowsofB contain loops,henceffi,e�g,arecor-

related.However,thesecorrelationsareassum ed to be

sm allasthe typicalloop size isofO (log(k))[19].

7. C O N C LU D IN G R EM A R K S

The only rem aining m ajor drawback of the pre-

sented decoder is that the com plexity (per iteration),

scalesasO (kq2),thism ay considerably slow down the

decoder even for m oderate alphabet size. Note how-

ever,thatforlargeq,such thatq2 � k,and low entropy

sequences,the transition m atrix,T,isexpected to be

very sparse,and dom inated by elem entsofO (1).Tak-

ing advantageofthesparsenessofT,thecom plexity of

the decodercan be furtherreduced.

The one-dim ensional M arkovian decoder can be

easily extended to coding ofa two-dim ensionalarray

ofsym bols or even to an array ofsym bols in higher

dim ensions[13].Thenaivecom plexity oftheDBP cal-

culation scalesaskdq2d+ 1,where kd is the num ber of

blocksin thearray,and ddenotesthedim ension.Using

M arkovian and Bayesian assum ptions,the com plexity

can be reduced to O (kdq2).
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